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Real-time Arbitrary Waveform Generation (AWG) is essential in various engineering and research
applications, and often requires complex bespoke hardware and software. This paper introduces an
AWG framework using an NVIDIA Graphics Processing Unit (GPU) and a commercially available
high-speed Digital-to-Analog Converter (DAC) card, both running on a desktop personal computer
(PC). The GPU accelerates the “embarrassingly” data parallel additive waveform synthesis frame-
work for AWG, and the DAC reconstructs the generated waveform in the analog domain at high
speed. The AWG framework is programmed using the developer-friendly Compute Unified De-
vice Architecture (CUDA) runtime application programming interface from NVIDIA and is readily
customizable, and scalable with additional parallel hardware. We present and characterize two
different pathways for computing modulated radio-frequency (rf) waveforms: one pathway offers
high-complexity simultaneous chirping of 1000 individual Nyquist-limited single-frequency tones for
35 ms at a sampling rate of 560 MB/s, and the other pathway allows simultaneous continuous
chirping of 194 individual Nyquist-limited single-frequency tones at 100 MB/s, or 20 individual
tones at 560 MB/s. This AWG framework is designed for fast on-the-fly rearrangement of a large
stochastically-loaded optical tweezer array of single atoms or molecules into a defect-free array
needed for quantum simulation and quantum computation applications.

I. INTRODUCTION

Arbitrary Waveform Generation (AWG) is used in a
broad range of applications such as audio systems [1],
computer music synthesis [2], quantum computation and
quantum simulation [3–10], electronic warfare and ra-
dio systems [11], and photolithography [12], to name
a few. Typically, the arbitrary waveforms are digi-
tally generated using a Field-Programmable Gate Ar-
ray (FPGA)[13, 14], or a Digital Signal Processor
(DSP)[15, 16], which are then reconstructed in the ana-
log domain via a high-speed Digital-to-Analog Converter
(DAC). While these implementations offer flexibility,
low-latency, high-throughput, and real-time processing
capabilities, they are typically bespoke and challenging
to develop [17].

High-speed AWG benefits from advanced pipelining
and parallel processing, which are typically implemented
on FPGA-based systems [18]. With the advent of acces-
sible and general-purpose parallel programming on mul-
tithreaded multiprocessor architectures such as Graph-
ics Processing Units (GPUs), accelerated AWG can also
be performed on GPUs. GPUs are a high-bandwidth,
high-parallelism, high-throughput, many-core processor
architecture specialized for floating-point arithmetic op-
erations [19]. GPUs are optimized for throughput rather
than latency, while the opposite is true for Central Pro-
cessing Units (CPUs). Unlike CPUs, which typically
host dozens of cores and are optimized for the sequen-
tial execution of instructions via advanced pipelining and
caching, GPUs host thousands of lightweight cores or-
ganized into multiple Streaming Multiprocessors (SMs)
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that can execute thousands of threads concurrently [20–
23]. Therefore, highly data parallel problems, which re-
quire minimal context switching, can be solved efficiently
on GPUs. Furthermore, NVIDIA provides the Compute
Unified Device Architecture (CUDA) Toolkit compati-
ble with most of its GPU cards, which allows paral-
lel programming on a high-level language like C/C++.
Lastly, high-speed data transfers to peripherals (like a
DAC) over the Peripheral Component Interconnect Ex-
press (PCIe) interface via Remote Direct Memory Access
(RDMA) can be performed readily.

Recently, General Purpose GPU (GPGPU) computing
has shown promise over DSPs and FPGAs in radar signal
and data processing [24]. In fact, GPUs have shown bet-
ter parallelism than FPGAs due to their large off-chip
memory and high-speed coalesced access of that mem-
ory [25]. GPUs have also been used for digital signal
processing [26–28] and software-defined radio (SDR) [29–
32]. An extensive comparison between the capabilities of
DSPs, FPGAs, and GPUs can be found in Ref. [17].

In this paper, we develop an AWG framework acceler-
ated by GPGPU computing for fast on-the-fly rearrange-
ment of a stochastically-loaded optical tweezer array of
single atoms or molecules into a defect-free array. Nu-
merous quantum computation and quantum simulation
protocols start with a defect-free optical tweezer array
of atoms or molecules [33–38]. An Acousto-Optic De-
flector (AOD) driven with a multitone radio-frequency
(rf) waveform is typically used to generate these opti-
cal tweezer arrays [6, 8–10]. In the case of a 1D optical
tweezer array, each single-frequency tone in the multitone
waveform maps to an individual optical tweezer. Sin-
gle atoms are then loaded into these optical tweezer ar-
rays albeit stochastically [39–42]. Therefore, rearranging
these stochastically-loaded tweezer arrays requires dy-
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FIG. 1: Illustration of the data parallel implementation of the additive waveform synthesis framework for AWG on a GPU.
Each Streaming Multiprocessor (SM) is tasked with computing and combining chunks of the wavetables to synthesize a chunk
of an arbitrary waveform that is saved in the pinned memory of the GPU. This saved arbitrary waveform chunk is transferred
over PCIe 2.0 via RDMA to the FIFO memory and the DAC. At the DAC, this chunk is reconstructed into an analog signal.

namic arbitrary control over the amplitude, frequency,
and phase of the single-frequency tones that comprise
the multitone waveform driving the AOD. Various groups
solve this problem in clever and elegant ways. Some gen-
erate the multitone rf waveform using an FPGA-based
signal generator or SDR [6, 8, 10]. Some use a PC to pre-
compute and save the waveforms, and the rearrangement
trajectories in memory [9, 10]. Others move an optical
tweezer by controlling a voltage-controlled oscillator with
a microcontroller [43].

In this paper, we cast AWG as an “embarrass-
ingly” data parallel problem and solve it efficiently
on a heterogeneous computing architecture consisting
of a CPU, a GPU, and a DAC card. We synthe-
size static/unmodulated/continuous-wave rf waveforms

as well as real-time/dynamic rf waveforms using this
architecture. Our code is portable, easy to modify,
and can be found here: https://github.com/JQIamo/
AWG-on-GPU.git.

II. THEORY OF OPERATION

Any periodic arbitrary waveform (V (t)) generated
from a circular buffer of length Ls at a sampling clock
frequency fs can be expressed as a weighted sum of the
harmonics of the fundamental frequency (fs/Ls) via the

https://github.com/JQIamo/AWG-on-GPU.git
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Fourier transform:

V (t) =

N∑
j=1

aj sin

(
2πjfs
Ls

t+ θj

)
, (1)

where aj is the amplitude of the jth tone, θj is the phase
of the jth tone, fs is the sampling frequency, and N
is the total number of tones. We ignore the DC term
in the expansion as it is irrelevant in our application.
Discretizing Eq. 1 in time we get:

V [i] = Q(V (t)) =

N∑
j=1

aj sin

(
2πj

Ls
(i mod Ls) + θj

)
(2)

=

N∑
j=1

ajxj [i mod Ls] = X[i mod Ls], (3)

where t = i/fs and Q is the discretization operator.
Therefore, arbitrary waveform generation can be formu-
lated as an amplitude-weighted linear combination of N
wavetables (xj) [18]. A wavetable is synonymous with
the phase-amplitude lookup table in Direct Digital Fre-
quency Synthesis (DDS). We use the phase of each tone
θj to control for the peak/crest factor of the generated
waveform V (t) [44]. The formulation in Eq. 3 can be
readily extended for real-time control over the spectrum
of an arbitrary waveform by separating the dynamic
wavetables from the static wavetables:

V [i] = Xstatic[i mod Ls] +
∑
j

ajx
dynamic
j [i]︸ ︷︷ ︸

Xdynamic[i]

. (4)

Such a framework for control over the spectrum of an
arbitrary waveform is typically referred to as additive
wavetable synthesis or additive synthesis [1, 18, 45]. The
additive synthesis framework laid out so far is similar
to the single-phase-accumulator-type-based DDS AWG
approach where a single-phase accumulator is shared be-
tween all the harmonic wavetables. The harmonics or
tones are phase-locked to each other and are integer
multiples of a single fundamental frequency. The har-
monics are linearly combined with appropriate amplitude
weights and phase shifts to generate the desired arbitrary
waveform [18].

Additive synthesis frameworks with dynamic control
over the phase, amplitude, and frequency chirping ca-
pabilities for each tone are typically implemented on
FPGAs [18, 46, 47]. The great flexibility, low latency,
and high-speed control over the spectrum afforded by an
FPGA implementation should be weighed against the dif-
ficulty of the implementation [17]. On the other hand,
GPU implementation of additive synthesis is much sim-
pler. In fact, we leverage the “embarrassingly” data par-
allel aspects of the additive synthesis framework to ac-
celerate AWG.

Data parallel programs run efficiently on vector
processor-like architectures. This is because the same

instruction can be performed concurrently on multiple
elements. This type of parallel processing architecture is
referred to as Single Instruction, Multiple Data (SIMD)
in Flynn’s taxonomy [20, 21]. Technically, the process-
ing architecture on a GPU is Single Instruction, Multiple
Thread (SIMT), which is different from SIMD as it does
not require the lockstep execution of the threads [23].
Specifically, Eqs. 3 and 4 only require two “embarrass-
ingly” data parallel tasks [20, 48, 49]:

• fast computation of the wavetable elements in par-
allel, which involves evaluating the transcenden-
tal sine function using the Special Function Units
(SFU) native to the GPU, and

• vector addition of the amplitude-weighted waveta-
bles.

Given the large gigabyte-size GPU DRAM and opti-
mized large-scale memory accesses typically performed
on a GPU [20], each wavetable xj stores j sinusoidal cy-
cles (Eq. 3) of phase-to-amplitude mapping for the jth
tone without the need for any phase-amplitude lookup ta-
ble compression or sine-wave approximations [50]. When
the frequency of the jth tone is chirped (Eq. 4), xj stores
its entire chirp trajectory. Furthermore, given the ana-
lytic nature of the sine function or the chirp trajectory
being computed and stored in the wavetables, chunks of
the wavetables that are separated in time can be com-
puted in parallel and out-of-order by the SMs on the
GPU (see Fig. 1). The vector addition of the amplitude-
weighted wavetables can also be computed in parallel in a
similar fashion (see Fig. 1). In essence, the additive syn-
thesis framework for AWG is “embarassingly” data par-
allel. The generated arbitrary waveform is subsequently
stored in the pinned GPU memory. From there, the data
is seamlessly transferred via RDMA to the FIFO mem-
ory in real time through the PCIe bus and is then re-
constructed into an analog signal by the DAC. (see Fig.
1). As memory access latencies slow down program ex-
ecution, especially between the GPU memory and CPU
memory in a heterogeneous computing architecture, we
perform no data transfers between them. Instead, we ef-
ficiently store the computed wavetables in registers and
DRAM on the GPU, facilitating rapid memory access by
the cores.

III. HARDWARE IMPLEMENTATION

We implement our additive synthesis framework for
AWG on an NVIDIA Quadro RTX 6000 GPU card that
is connected to a Spectrum Instrumentation M4i.6622-x8
card over a PCIe bus. The GPU has a 24 GB GDDR6
DRAM and supports RDMA functionality over PCIe 3.0
bus. The M4i.6622-x8 card has four 16-bit DACs with a
maximum sampling rate of 1.25 GB/s for each DAC chan-
nel, when all four channels are engaged. However, the
RDMA transfer rate from the GPU pinned memory to
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FIG. 2: Illustrating RDMA transfer between the pinned memory on the GPU and the FIFO memory on the M4i.6622-x8
card for one DAC channel. (a) The same data stored in the pinned memory is repeatedly transferred via RDMA to the FIFO
memory and DAC for static AWG (b) chunks of time-varying arbitrary waveforms computed on the fly and streamed into the

FIFO memory and DAC for real-time/dynamic waveform generation.

the First-In-First-Out (FIFO) memory of the M4i.6622-
x8 card is limited to 2.8 GB/s as the M4i.6622-x8 card
only supports RDMA transfer over PCie 2.0. The RDMA
transfer is implemented via Spectrum CUDA Access for
Parallel Processing (SCAPP) SDK. The DAC sampling
rate must therefore match the RDMA PCIe 2.0 transfer
rate. If these two rates do not match, the FIFO buffer will
be emptied (or filled) by the DAC (RDMA) before it can
be refilled (or emptied) by an RDMA transfer (DAC) and
a buffer underflow (or overflow) error will occur. There-
fore, when all four DAC channels are engaged, the max-
imum sampling rate fs achievable is 700 MB/s per DAC
channel.

The optimal size of the data (or chunk) for an RDMA
transfer from the pinned memory to the FIFO memory
sets the lengths of all the wavetable buffers xj and the
pinned memory buffer to positive integer multiples of a
minimum length Ls. In fact, the size of this chunk is
2 MiB, which implies 220 samples per RDMA transfer.
One sample is 2 bytes each as set by the DAC resolu-
tion. When all four DAC channels are engaged, this 2
MiB RDMA chunk is multiplexed into four 0.5 MiB sub-
chunks, with one sub-chunk per DAC channel per RDMA
transfer. This implies an Ls = 218 per DAC channel per
RDMA transfer. For the sake of simplicity, we will elab-
orate on the additive synthesis framework with only one
DAC channel in mind. We present details on how to
send generated arbitrary waveform data to all four DAC
channels over RDMA in Sec. IVC.

An RDMA transfer from the pinned memory to the
FIFO memory is automatically invoked when the free
memory length in the FIFO queue is greater than Ls.
In order to avoid undesired spurs in the spectrum of
the arbitrary waveform, continuous differentiability of
the waveform must be enforced at the boundaries of the
wavetable chunks. This is especially critical when gener-
ating a static arbitrary waveform, as it is evaluated only
once and then saved in the pinned memory buffer before
being fed repeatedly into the FIFO queue via RDMA (see
Fig. 2a). This continuous differentiability requirement
enforces a quantization on the frequency (fj) of a single
tone that can be represented by a wavetable buffer. For
a DAC sampling frequency fs, the frequency of a single
tone fj that can be stored in (and reconstructed from) a
wavetable buffer xj is

fj =
j

Ls
fs, (5)

where j ∈ {1, 2, 3 . . . Ls/2} ⊂ N is the number of full sinu-
soidal cycles that can be accommodated in the wavetable
buffer xj . Any arbitrary waveform can be created by lin-
ear superposition of these amplitude-weighted and phase-
shifted single-frequency tones/wavetables under the ad-
ditive synthesis framework. In the next section, we elab-
orate on how the additive synthesis framework is imple-
mented in software.
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IV. SOFTWARE IMPLEMENTATION

This section elaborates on the waveform generation
pathways that we implemented under the additive wave-
form synthesis framework. One pathway is devised
for generating static/unmodulated/continuous-wave ar-
bitrary waveforms (see Sec. IVA), and two pathways are
devised for generating dynamic/real-time arbitrary wave-
forms (see Sec. IVB). A flow-chart representing the con-
trol flow of the software is shown in Fig. 3.

All pathways share a common Initialization (Init)
state in which the system resets the GPU, configures
the M4i.6622-x8 card, and allocates the memory for
the wavetable buffers xj in the GPU DRAM. We first
layout the mathematics and the software implementa-
tion for generating static/unmodulated arbitrary wave-
forms and then expound on the same for generating real-
time/dynamic arbitrary waveforms.

A. Static AWG pathway

Generating an static/unmodulated/continuous-wave
arbitrary waveform is simple to implement under the
additive synthesis framework. Any arbitrary waveform
can be expressed as a linear superposition of amplitude-
weighted and phase-shifted single-frequency tone waveta-
bles. In our implementation for each DAC channel out-
put, we set the length of all wavetable buffers and the
pinned memory buffer to Ls. Therefore, a tone at a de-
sired frequency f0 must be approximated to its closest
quantized frequency fj as follows:

fj =
j

Ls
fs = nint

(
f0
fs

Ls

)
fs
Ls

, (6)

where nint() denotes the operation of rounding a real
number to its nearest integer. With a DAC sampling
rate of fs = 560 MB/s limited by the PCIe 2.0 bus, the
error in this approximation is less than 534 Hz.

For a desired static arbitrary waveform Vstatic(t), the
digitized data (Vstatic[i] = Q(Vstatic(t))) in the pinned
memory buffer is therefore the equation presented in
Eq. 2 and 3, which we repeat here:

Vstatic[i mod Ls] =

N∑
j=1

ajxj [i mod Ls] (7)

=

N∑
j=1

aj sin

(
2π

fj
fs

(i mod Ls) + θj

)
,

(8)

where t = i/fs, i mod Ls denotes the array index for the
wavetable buffers as well as the pinned memory buffers
of length Ls for a DAC channel, and θj is the phase offset
for the jth tone for crest/peak factor suppression [44, 51].
θj depends on the value of aj [51].

One can immediately notice the benefit of this con-
struction. The static arbitrary waveform is evaluated
only once and then saved to the pinned memory buffer.
By repeatedly transferring the saved wavetable in the
pinned memory buffer over to the FIFO queue via
RDMA, we generate a periodic static arbitrary waveform
at the DAC. In our application, such a static arbitrary
waveform is used to drive an AOD to create a static op-
tical tweezer array for trapping single atoms. It is there-
fore essential to suppress the crest factor using θj , when
a static rf arbitrary waveform is used to drive AODs.
Prominent crest factors lead to large spikes in rf power
that can damage the AOD crystal [52].

Streaming pathway

Playback
pathway

Yes

No

Initialization

Output static waveform 

Compute and output entire
dynamic waveform

Compute and output contiguous
dynamic waveform chunks

U
po

n 
co

m
pl

et
io

n Dynamic
waveform?

Pathway type?

Static AWG pathway

FIG. 3: Three pathways are available to the user as shown
in the flowchart: static/unmodulated/continuous-wave AWG
or real-time/dynamic AWG. Both the Playback pathway

and Streaming pathway are available for real-time/dynamic
AWG. The Playback pathway can generate highly complex
real-time/dynamic arbitrary waveforms albeit for a short

duration of time. This pathway terminates with a
final/desired static arbitrary waveform state. The Streaming
pathway allows for continuous albeit limited control over the
spectrum of the arbitrary waveform for any duration of time.

B. Dynamic AWG pathways

We implement two variants/pathways for real-
time/dynamic waveform synthesis. In what we call the
“Playback” pathway, the entire real-time waveform is
computed and saved to the pinned memory buffer prior to
transferring it to the FIFO memory via RDMA and then
to the DAC. This pathway enables complete control over
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FIG. 4: The depiction of the kernel functions: In the Wavetable Generator (WG) kernel, each thread samples and evaluates
a point from the analytic mathematical expression for a tone (like a sine or a chirp) and saves it to the tone’s wavetable

buffer; the Wavetable Combiner (WC) vector-adds the wavetables generated by the WG; the Wavetable Multiplexer (WM)
restructures the arbitrary waveform data for the four DAC channels so that each DAC channel can reconstruct its own

arbitrary waveform data.

the spectrum of an arbitrary waveform for a brief period
of time, facilitating a highly complex transformation of
an initial static arbitrary waveform state to a desired fi-
nal static arbitrary waveform state. For instance, a static
array of stochastically-loaded atoms in optical tweezers
can be re-arranged into a defect-free static array of atoms
in optical tweezers using this pathway. As the calcu-
lation is performed on the GPU in real-time, there’s a
latency/delay between the start of the computation and
when the DAC is ready to output the computed real-time
arbitrary waveform. The more complex the real-time ar-
bitrary waveform, the greater is this delay.

The other pathway is called the “Streaming” path-
way. In this pathway, each subsequent waveform chunk
is evaluated in the time interval between the current
and upcoming RDMA transfers. This allows for continu-
ous streaming of the real-time arbitrary waveform. The
waveform chunk computation must be performed faster
than the time it takes to perform an RDMA transfer.
While one can slow down the rate at which RDMA is
performed, the Nyquist frequency is also reduced propor-
tionally. Large Nyquist frequencies require fast compu-
tations, and this limits control over the spectrum of the
arbitrary waveform to only a few tones at a time. How-
ever, unlike the Playback pathway, the Streaming path-
way doesn’t have to terminate at a final static arbitrary
waveform state. The performance of the two pathways
will be elaborated in Section V.

The mathematics for computing the real-
time/dynamic arbitrary waveform (Vdynamic(t)) is
the same for both pathways. The real-time digitized

arbitrary waveform (Vdynamic[i] = Q(Vdynamic(t))) can
be expressed under the additive synthesis framework as:

Vdynamic[i] = Xstatic[i mod Ls] +
∑
j

aj [i] sin (ϕj [i] + θj)︸ ︷︷ ︸
Xdynamic[i]

,

(9)
where θj is the phase offset propagated from the initial
static tone, ϕ[i] is the phase as a function of time dur-
ing the real-time AWG. Notice the i mod Ls indexing of
only the static arbitrary waveform buffer Xstatic, but i
indexing of the dynamic waveform buffer Xdynamic. This
is because the length of the dynamic waveform buffer
(Xdynamic[i]) Ld must be a positive integer multiple of

Ls i.e. Ld = Ls

⌈
Tfs
Ls

⌉
≥ LS , where T is the time dura-

tion for the real-time arbitrary waveform generation.

Let’s consider the case of a real-time AWG where we
only chirp the frequencies of a few tones in the spectrum
of the arbitrary waveform. In this case, aj [i] = aj [0].
While we can readily program any functional form for
a frequency chirp (such as linear, exponential), here we
will consider the case of a frequency chirp that follows
the minimum jerk trajectory [53]. The minimum jerk
trajectory is typically used to minimize the heating of
atoms trapped in optical tweezers during the rearrange-
ment process. The phase of the jth tone ϕj [i] as a func-
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tion of time can be expressed as follows:

ϕj [i] =


2πi
fs

(
f start
j + p(i)

)
i ≤ Tfs

2π
f finish
j

fs
i+ πT (f start

j − ffinish
j ) Tfs < i ≤ Ld

2π
fstart
j

fs
(i mod Ls) + θ′j i > Ld

(10)

where θ′j = 2π
f finish
j

fs
Ld + πT (f start

j − ffinish
j ) and

p(i) = (ffinish
j − f start

j )

(
5
2

(
i

Tfs

)4

− 3

(
i

Tfs

)5

+

(
i

Tfs

)6
)

for the minimum jerk trajectory. In this example, the
dynamic waveform generation ends in an arbitrary wave-
form state that is static/unmodulated/continuous-wave
and is, therefore, more representative of the Playback
pathway.

C. CUDA kernel implementations

The waveform synthesis pathways are implemented us-
ing CUDA kernel functions, or simply kernels, which are
user-defined functions executed by the SMs on GPUs.
CUDA kernels are executed in 32-thread groups called
warps. A warp is the smallest unit of execution on a
GPU. Multiple warps are grouped together into blocks,
which are then assigned to the SMs for execution [20].

All 32 threads in a warp share a common instruction
register, but process on different data. This is the SIMT
parallel programming architecture. Furthermore, each
thread in a warp has its own set of registers in addition
to its local memory and additional memory that it shares
with other threads in the warp called shared memory. In
order to achieve massive speedup through data paral-
lelism, the data should ideally be divided into warp-sized
groups of 32, where each thread works on one piece of
data independently. It also helps greatly if there are no
control divergences in the warp. These best practices are
easily satisfied in our case as the length of all the buffers
is a positive integer multiple of Ls = 218, which is a mul-
tiple of 32, and there are no control divergences in our
kernel implementations [20]. We have implemented sev-
eral other strategies to speed up the code performance,
which can be found in the Appendix.

There are three types of CUDA kernels implemented
in the program: Wavetable Generator (WG), Wavetable
Combiner (WC), and Wavetable Multiplexer (WM) as
illustrated in Fig. 4. All kernels are designed to launch
Ls threads that are indexed from 0 to Ls−1. The number
of threads is orders of magnitude greater than the number
of available cores. This helps increase GPU throughput
via latency hiding by assigning multiple thread blocks
per SM.

The WG kernel computes the wavetables xj . A
wavetable can hold either a single-frequency tone (see
Sec. IVA) or the entire chirp trajectory of a tone (Sec.
IVB). For generating N single-frequency tone wavetables
of length Ls, the kernel allocates the ith thread to pro-

cess the ith element of the N wavetables. This thread
index-to-wavetable index mapping facilitates high data
parallelism as the ith thread independently computes a
single data point in the wavetable buffer xj [i] (see Fig. 4).
For computing N time-varying tones, each thread com-
putes NLd/Ls data points with a one thread index-to-
multiple wavetable index mapping: the ith thread com-
putes Ld/Ls wavetable elements xj [i mod Ls] in the N
wavetables. This resource-intensive and on-the-fly com-
putation of the chirped tone wavetables is performed at
half-floating point precision in order to reduce latency, as
high-frequency precision of the chirped tones isn’t neces-
sary for our application.
The WC kernel performs the vector additions (or sub-

tractions if necessary) of the saved wavetables. The
thread indices are mapped to wavetable indices in the
same way as described in the WG kernel paragraph
above. When the kernel is launched, the ith thread ini-
tializes a zero-valued float in one of its registers, and then
iteratively adds or subtracts the values in the wavetables
at index i to this register (see Fig. 4). This implemen-
tation accesses each data point in the wavetables only
once, thus mitigating the latency associated with repeti-
tive buffer accesses.
The WM kernel multiplexes the arbitrary waveform

wavetables for the four DAC channels into a single buffer,
which is transferred to the FIFOmemory through RDMA
in 4Ls−sized chunks (see Fig. 4). The data in the FIFO
memory is read sequentially in groups of four in a single
clock cycle. Each group contains the wavetable values
for four DAC channels. The thread index to wavetable
index mapping is also natural for the WM kernel. The
ith thread takes the ith elements from each of the four
wavetable buffers and arranges them sequentially as a
group of four in the pinned memory buffer. Due to the
simplicity of the kernel, it takes, on average, tens of mi-
croseconds to execute it and doesn’t affect the program
performance.

Init WG+WC WM Out

FIG. 5: The illustration of the kernel execution timeline in
the static AWG pathway.

In practice, these kernels are modified to match the use
case and merged together to minimize high-latency op-
erations, such as repeatedly accessing the same chunk of
data from DRAM memory. In the static AWG pathway,
the kernels are launched sequentially (see Fig. 5). The
WG and WC kernels are merged together to generate
and store in memory all static (individual and summed)
wavetables that will be reused in the dynamic pathways.
Lastly, the WM reorganizes the data and saves it in the
pinned memory buffer before it is transferred via RDMA
to the DAC output channels for analog reconstruction.
In the Playback pathway (see Fig. 6), the WG and WC

are also merged into a single kernel in order to compute
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the entire dynamic waveform. Upon completion of the
WG+WC kernel, the WM kernel reorders the dynamic
waveform data before sending it over to the DAC out-
put channels. This pathway ends in a static arbitrary
waveform.

Init WG+WC WM Out Static AWG

FIG. 6: The illustration of the kernel execution timeline in
the Playback pathway.

In the Streaming pathway (see Fig. 7), the WG, WC,
and WM are merged into a single kernel as new arbitrary
waveform data is generated on the fly and streamed to
the DAC output channels via RDMA.

Init WG+WC+WM Out

FIG. 7: The illustration of the kernel execution timeline in
the Streaming pathway.

Lastly, shared memory usage can boost program per-
formance. Shared memory is a programmer-controlled
memory resource accessible to all threads in a block.
In our implementation, shared memory stores temporary
variables for dynamic waveform synthesis. However, its
efficacy is limited due to infrequent data access in our
case.

V. PERFORMANCE

Here we evaluate the performance of all the
pathways—static and dynamic—that were implemented
under the additive synthesis framework.

A. Static AWG pathway

We compare the time it takes for the Quadro RTX
6000 GPU (1.6 TFLOPS) versus the time it takes for the
function generator widget on SBench6 6.5.4 build 21020
(the official software provided by the M4i.6622-x8 card
vendor Spectrum Instrumentation) running on a CPU
(AMD Ryzen 9 5950X 16-core processor) to compute the
same static arbitrary waveforms. The function generator
in SBench6 computes data in double precision (64 bits),
but converts it to 16-bit data when it is replayed, as the
DAC resolution is 16-bit.

In order to do this comparison, the Sbench6 and the
GPU perform the same calculation: Generate an arbi-

trary waveform of the form a
∑Nstatic

j=0 sin(2π(f0 + j∆f)t)

(MB)

(a)

(b)

FIG. 8: The evaluation of the Static AWG pathway: The
speedup ratios are γ = C1/C2,sp = 3389+92

−90 and

γ = C1/C2,dp = 586+16
−16 for single-precision floating-point

data computed on the GPU and double-precision
floating-point data computed on the GPU respectively. The
function generator in SBench6 computes data in double

precision, but converts it to 16-bit data when it is replayed
by the DAC. The data and the speedup ratio γ = C2/C1,η

are plotted as a function of (a) MLs and (b) Nstatic.

of wavetable length MLs, where M is a positive integer,
f0 = 50 MHz, and ∆f = 1 MHz. We vary the wavetable
length MLs and the number of static single-frequency
tones Nstatic and record the computation time tstatic,i.
The GPU AWG computation time data is fit to the ex-
pression tstatic,GPU,η = C1,ηNstatic(MLs) where η=sp
represents data computed in single floating-point pre-
cision, dp represents data computed in double floating-
point precision. The SBench6 AWG computation data is
fit to the expression tstatic,CPU = C2Nstatic(MLs). The
fitted results give C1,sp = 0.0126(1) ms/MB, C1,dp =
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0.0729(8) ms/MB, C2 = 42.7(7) ms/MB. Given these
expressions, we define the speedup ratio (γ) as

γ =
tstatic,CPU

tstatic,GPU,η
=

C2

C1,η
. (11)

The speedup ratio is γ = C1/C2,sp = 3389+92
−90 and

γ = C1/C2,dp = 586+16
−16 respectively. We plot the results

of our measurements in Fig 8. The speedup ratio and
the data are plotted as a function of MLs in Fig. 8a and
as a function of Nstatic in Fig. 8b. The speedup ratio
γ is largely independent of these variables and clearly
shows that the static AWG computation on the GPU
outperforms the SBench6 computation by a few orders
of magnitude in speed. The speedup ratio will further
increase due to the higher complexity of the kernels, and
more frequent and complicated memory access critical in
implementing the dynamic AWG pathways. Addition-
ally, SBench6 cannot perform on-the-fly computation of
dynamic waveforms.

B. Dynamic AWG pathway: Streaming pathway

100 200 300 400 500 600
fs (MB/s)

25

50

75

100

125

150

175

200

N
str

ea
m

in
g Nstreaming = (P

fs ) 1
1 k

P = 5.2(2) × 103 MB/s
k = 0.249(6)

Fit
Data

FIG. 9: Modeling the Streaming pathway: We plot the
experimentally determined maximum number of tones

NStreaming that can be streamed as a function of the sample
rate fs. We also plot the fit to the data. R-squared of the fit

is 0.9997.

In the Streaming pathway, each subsequent waveform
chunk is evaluated in the time interval between the cur-
rent and the upcoming RDMA transfers. In order to
model the Streaming pathway, we compare the time it
takes to transfer an Ls−sized chunk of data in the pinned
memory buffer of the GPU to the FIFO memory and
DAC via RDMA, to the time it takes for Ls−sized chunks
of Nstreaming different tones to be computed in real-time,
added together, and saved to the pinned memory buffer.
It takes Ls/fs amount of time to transfer an Ls−sized

chunk of data in the pinned memory buffer to the FIFO
memory and the DAC via RDMA. On the other hand, the
time it takes to generate an Ls−sized chunk of data repre-
senting the dynamic behaviour of Nstreaming time-varying

tones is NstreamingLs/(PNk
streaming) = N1−k

streamingLs/P .
Here NstreamingLs is the total number of samples that
are computed and added together, and PNk

streaming is
the rate at which this computation is performed. P is a
constant pre-factor that has units of samples per second,
and k is a dimensionless exponent that encapsulates the
scaling dependence on the number of time-varying tones
Nstreaming. Equating the two times, we get the following
expression for the number of tones that can be dynami-
cally controlled and streamed (Nstreaming) as a function
of the sampling frequency (fs):

Nstreaming =

(
P

fs

) 1
1−k

(12)

Given a sampling rate fs, we experimentally determine
the maximum number of tones Nstreaming we can chirp
indefinitely. We fit this data to the expression in Eq. 12.
The R-squared value of the fit is 0.9997. We are able to
chirp 20 tones at fs = 560 MB/s, and 194 tones at fs =
100 MB/s. With k = 0.249, the time it takes to compute
Nstreaming tones increases sub-linearly: N0.754

streamingLs/P .
This is because with more Nstreaming tones, more blocks
are assigned to each SM on the GPU, which helps with
the overall GPU throughput via latency hiding.

C. Dynamic AWG pathway: Playback pathway

In the Playback pathway, there’s a latency between
the start of the computation and when the DAC is ready
to output the computed real-time arbitrary waveform.
The latency depends on the number of time-varying
tones Nplayback and the length of the dynamic waveform
Tfs. Furthermore, the vector addition of Nplayback time-
varying tones scales as toverheadNplayback. The Playback
pathway computational latency (τplayback) can be mod-
elled as:

τplayback = A(Tfs)
aN b

playback + toverheadNplayback (13)

where A is a constant pre-factor; a, b are the dimension-
less exponents that capture the scaling dependence on
the length of dynamic waveform Tfs and the number of
time-varying tones Nplayback respectively.
In our experiments, we set fs = 560 MB/s. The

latency τplayback is extracted using a CPU timer syn-
chronized with the GPU. We fit the data collected
from varying Nplayback and T independently to the two-
dimensional model described in Eq. 13, as can be seen
in Fig. 10a and Fig. 10b. In Fig. 10a, we plot the data
alongside slices of the global fit along the Nplayback axis.
In Fig. 10b, we plot the data alongside slices of the global
fit along the Tfs axis. The R-squared value of the two-
dimensional fit is 0.997. Both the exponents a and b are
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(a)

(b)

FIG. 10: Modelling the Playback pathway: The measured
latency τPlayback data and slices of the global fit to the data
are plotted as a function of (a) the number of chirped tones
NPlayback and (b) the length of the dynamic waveform Tfs.

sub-linear. This suggests that with more Nplayback tones
and more considerable dynamic waveform lengths Tfs,
more blocks are assigned to each SM on the GPU, which
helps with the overall GPU throughput via latency hid-
ing.

Apart from the latency, another limitation inherent to
the Playback pathway is the upper bound on the total
memory (NplaybackTfs half-precision floating-point num-
bers) required by the pathway. This memory requirement
must not exceed the GPU DRAM capacity. Given our
GPU’s memory capacity of 24 GB, this imposes a con-
straint on the maximum number of tones that can be
chirped, approximately limiting it to 1000 for a 35 ms

duration at a sample rate of 560 MB/s.

VI. SUMMARY AND OUTLOOK

In conclusion, we have implemented fast real-time ar-
bitrary waveform generation on a GPU using the additive
synthesis framework for waveform synthesis. We cast the
additive synthesis framework as massively or “embarrass-
ingly” data parallel and execute it efficiently on a GPU.
We implement multiple pathways for arbitrary waveform
generation: one static pathway, and two dynamic path-
ways. The static AWG pathway allows for the continu-
ous generation of unmodulated arbitrary waveforms that
are highly complex and precise. The choice of the dy-
namic AWG pathway depends on the application: gen-
erate a highly complex real-time arbitrary waveform for
a short duration of time, or continuously stream a less
complex real-time arbitrary waveform. Unlike FPGA-
based systems, the system outlined in this paper only re-
quires a commercial GPU and a commercial DAC module
(M4i.6622-x8 in our case) that can be integrated into a
desktop computer, and is developer-friendly for program-
mers with a background in C/C++. While this system
was designed specifically for real-time rearrangement of
stochastically loaded atoms in a large optical tweezer ar-
ray into a defect-free array, it can be readily generalized
and extended to other applications.
There are a few drawbacks in our implementation that

can be improved in future updates. When we profile our
implementations on NVIDIA Nsight, it states that the
data transfer between DRAM memory and the caches
limits the performance of the programs. So memory ac-
cess patterns inside the GPU may be further optimized.
Furthermore, the kernels access the buffers in a coalesced
manner. However, the order in which they are accessed
may not be optimal.
Multiple GPUs may be connected together via NVLink

and NVSwitch to further accelerate the “embarrassingly”
data parallel tasks like wavetable computation and vector
addition under the additive synthesis framework. CUDA
libraries like cuBLAS and cuFFT can be readily inte-
grated into our code for more complex signal-processing
tasks. Given that the speed of floating-point operations
and the number of threads have been increasing steadily
with every GPU generation, we expect the vector ad-
ditions and the wavetable computations that comprise
the additive synthesis framework to be even further ac-
celerated in future GPU generations. Furthermore, the
RDMA transfer to the DAC for waveform reconstruc-
tion could be improved with an interface that has greater
speed and throughput than the PCIe 2.0 bus used in our
setup. This would allow for higher Nyquist-limited fre-
quencies to be synthesized. Finally, integrating a high-
speed digitizer—capable of transferring sampled wave-
form data rapidly into GPU memory, via RDMA for
instance—into our current arrangement could enable a
simple yet complete real-time adaptive feedback control
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over arbitrary waveforms.
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Appendix: Parallel computation optimization

We primarily consulted NVIDIA’s CUDA C++ Pro-
gramming Guide[19] and CUDA C++ Best Practices
Guide [54] to enhance computational efficiency. In our
implementations, we aimed to minimize computational
latencies during the real-time waveform output. In fact,
we tried to move all the long latency operations to the
initialization state.

• To circumvent bulky data transfers between the
GPU and CPU, we allocate all data buffers in GPU
memory and reuse temporary data, thus alleviat-
ing constraints imposed by PCIe bus bandwidth.
All synthesis parameters are transmitted from the
CPU to the GPU only during initialization or when
static arbitrary waveforms are being reconstructed.
This is because the GPU is idle in these states. Be-
sides sending parameters, the CPU exclusively in-
teracts with the GPU when launching CUDA ker-
nel functions.

• We store pre-calculated and reusable data in GPU
DRAM, such as wavetables, prior to additive syn-
thesis. This offloads computationally intensive
tasks to the initialization stage, mitigating the need
for repeating computations, which helps reduce la-
tency.

• Computing the sine of a large number can incur
significant computational cost, especially when pro-
cessing sample data with a large position index i.

To alleviate this problem, we apply a modf() to
the phase ϕ[i] before executing any trigonometric
operations:

V [i] =
∑
j

aj sin

[
2π ×modf

(
ϕj [i]

2π

)]
(14)

• We use low-precision data types for real-
time/dynamic waveform generation. The SFUs
on the GPU are capable of very fast execution
of special floating-point arithmetic functions called
intrinsic functions. However, the SFU can only
evaluate intrinsic functions at single-float precision
or lower. Moreover, current GPUs are optimized
to process vector structures such as float2 vectors
or half2 vectors. Given our specific requirement
of chirping tones to move optical tweezers using
AODs, which do not necessitate high precision, we
utilize half2 structures in conjunction with intrinsic
functions to speed up the computation.

• We use fused multiply–add (FMA) operations and
restrict qualifier to further improve code per-

formance. The restrict keyword declares an ar-
ray argument of a kernel function to be unaliased,
which means the array is only accessible through
a single symbol in the scope of the executing ker-
nel. This allows for additional optimization during
compilation. Given that our kernels access data in
the buffers only once, most arrays in our program
benefit from this optimization.
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