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Abstract—Feedback holds a pivotal role in practical communi-
cation schemes, even though it does not enhance channel capacity.
Its main attribute includes adaptability in transmission that
allows for a higher rate of convergence of the error probability
to zero with respect to blocklength. Motivated by this fact, we
present a non-asymptotic achievability bound for variable-length
coding with stop-feedback. Specifically, a general achievability
bound is derived, that employs a random coding ensemble
in combination with minimum distance decoding. The general
bound is particularized for the Gaussian channel. Numerical
evaluation of the bound confirms the significant value of feedback
compared to transmission with fixed blocklength coding and
without feedback.

I. INTRODUCTION

Non-asymptotic upper and lower bounds on the achievable
rate of noisy channels are the focus of research related to low-
latency communications. Communication schemes that utilize
feedback, such as automatic repeat request (ARQ) and hybrid
automatic repeat request (HARQ), are widely used in practical
applications and support high reliability and adaptation to
the channel conditions. The non-asymptotic performance of
coding strategies with feedback is the theme of this paper.

In general, a fundamental result of information theory shows
that feedback does not increase the capacity of a noisy channel.
Despite this fact, feedback is quite useful since it can increase
the zero-error capacity, as shown in [1], and can also increase
the rate at which the probability of error converges to zero
as a function of the blocklength, as discussed in [2]. Some
of the most recent significant results for fixed blocklength
codes without feedback can be found in [3]. Similar results
were later produced for discrete channels with noiseless and
instantaneous feedback in [4]. In [5], noisy stop feedback is
considered for the finite blocklength regime, with promising
results for the binary-input Gaussian channel and the quasi-
static Rayleigh fading channel. Specifically, in the context of
the fading channel, feedback provides increased diversity as
well as better achievable rates compared to fixed blocklength
codes. Asymptotic approximations on the average blocklength
of variable-length feedback codes are derived in [6] for the
Gaussian point-to-point and multiple access channels.

Variable-length coding with stop-feedback (VLSF) is the
general class of widely used techniques, such as HARQ with

incremental redundancy. In these communication schemes,
transmission is terminated by a binary feedback signal when
the decoder has sufficient channel outputs to determine the
message. This signal is usually known as an acknowledgement
in case of “stop” or a negative acknowledgement in case of
“continue”. A non-asymptotic achievability bound of VLSF
coding can provide information not only for the average
blocklength but also the distribution of the decoding time. This
characteristic is not captured by asymptotic approximations
such as those in [6]. Additionally, asymptotic approximations
require the heuristic substitution of big O terms, e.g. [3, (296)],
and can be inaccurate for small blocklengths.

This work provides an achievability bound on the rate of
VLSF codes over the Gaussian channel with an average code-
book power constraint. Specifically, it presents a general bound
based on the minimum distance decoder and the definition of
VLSF codes given by Polyanskiy et al. in [4]. The general
bound is specialized for the Gaussian channel by employing
a setting similar to that in [7] for the minimum distance
decoder. Finally, the bound is numerically evaluated, enabling
a comparison between VLSF coding and fixed blocklength
coding over the Gaussian channel.

In section II, the definition of VLSF codes is presented as
well as the notation we follow throughout this paper. The main
theorem is given in section III. The particularization of the
main result for the Gaussian channel is derived in section IV.
The final remarks and conclusions are made in section VI.

II. NOTATION AND DEFINITIONS

Throughout this paper, the blocklength is denoted by n.
Uppercase letters represent random variables, and lowercase
letters denote their realizations. Random vectors are indicated
by bold uppercase letters. Superscripts refer to the first m
entries of a vector, denoted as Xm = (X1, ..., Xm). The
Euclidean norm is symbolized by ‖·‖. The multivariate normal
distribution is denoted with N (µ,Σ) where µ is the mean
vector and Σ is the covariance matrix. The m × m identity
matrix is denoted with Im. The probability density function
(pdf) of the non-central chi-squared distribution with κ degrees
of freedom and non-centrality parameter ν is represented with
fX 2

κ
(x; ν). Equivalently, the pdf of the gamma distribution
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with shape parameter κ and scale parameter θ is denoted
with fΓ(x;κ, θ). Cumulative distribution functions (cdf) are
defined analogously but with an upper case function name,
e.g. FΓ(x;κ, θ).

Let us consider a sequence of identical conditional proba-
bility kernels {PYi|Xi

}∞i=1 that define a memoryless channel
with input alphabet A and output alphabet B. The following
definition of VLSF codes is a modification of the definition
of variable length feedback codes given in [4].

Definition 1. An (l,M, ǫ) variable-length stop-feedback code,

where l is a positive real number, M is a positive integer

number, and 0 ≤ ǫ ≤ 1, is defined by:

1) A space U with a probability distribution PU that defines

a random variable U which initializes the codebook on

both the transmitter and the receiver before the start of

transmission.

2) A sequence of encoders fn : U × {1, ...,M} → A,

defining channel inputs

Xn = fn(U,W ) (1)

where W ∈ {1, ...,M} is the equiprobable message.

3) A sequence of decoders gn : U × Bn → {1, ...,M}
providing the best estimate of W at time n.

4) A non-negative integer-valued random variable τ , which

represents a stopping time of the filtration Gn =
σ{U, Y1, ..., Yn} and satisfies

E[τ ] ≤ l. (2)

The final estimation of message W is given at time τ

Ŵ = gτ (U,Yτ ) (3)

and satisfies the probability of error constraint

P (Ŵ 6= W ) ≤ ǫ. (4)

The key element of this definition is the random variable
U that is used to define an ensemble of random codes.
This is necessary because the existence of one specific code
that achieves the constraints of the coding ensemble is not
guaranteed, contrary to the fixed-length coding case.

III. GENERAL ACHIEVABILITY BOUND

The following theorem is the general result of this paper
and it describes the constraints that an (l,M, ǫ) VLSF code
must satisfy when a minimum distance decoder is utilized.

Theorem 1. Fix a threshold 0 ≤ ǫ ≤ 1 on the proba-

bility of error and a memoryless channel {PYi|Xi
}∞i=1. Let

the arbitrary mutually independent and identical processes

Xi = (Xi1, Xi2, ..., Xin, ...) for i = 1, ...,M where Xin ∈ A.

Let the marginal distribution of Xn
i be denoted as PXn . The

channel output Y is received when X1 is the channel input.

Define a sequence of distance functions d : An ×Bn → R≥0.

Finally, let the random variables

V1,n = d(Xn
1 ,Yn), (5)

V2,n = min
j=2,...,M

d(Xn
j ,Yn), (6)

Kn = min
i=1,2

(Vi,n), (7)

and a stopping time

τ = inf{n ≥ 0 : λ(Kn,Yn) ≤ ǫ} (8)

where

λ(υ, yn) ≥ P (V2,n = υ|Kn = υ,Yn = yn). (9)

Then for any M there exists an (l,M, ǫ) VLSF code with

l ≤ E[τ ]. (10)

Proof. Based on Definition 1, to define a code we need
to specify (U, fn, gn, τ). Random variable U is defined as
follows.

U , A∞ × ...×A∞

︸ ︷︷ ︸

M times

, (11)

PU , PX∞ × ...× PX∞

︸ ︷︷ ︸

M times

(12)

where PX∞ is the marginal distribution of X∞
i for any i =

1, ...,M . The common information provided to the encoder
and the decoder by the realization of U defines M codewords
of infinite length Ci ∈ A∞ for i = 1, ...,M . The encoder fn
carries out the mapping

fn(w) = Cwn (13)

where Cwn denotes the nth entry of Cw.
At the time of the reception of the nth symbol, the decoder

computes M distances

Sj,n = d(Cn
j ,Yn) (14)

for j = 1, ...,M . The minimum distance decoder estimates
the message w as

gn(Y
n) = argmin

j=1,...,M
Sj,n. (15)

An alternative decoding scheme with higher error rate and
average blocklength is the following. Assume, without any loss
of generality, that the transmitted message is W = 1. Then

gn(Y
n) = argmin

j=1,2
Vj,n. (16)

where

V1,n = S1,n (17)

and

V2,n = min
j=2,...,M

Sj,n. (18)



This conversion is easier to computationally manipulate
since it avoids operations with M terms without significantly
relaxing the final result. In fact, in the case of a continuous
channel, where the V1,n and V2,n are continuous, this conver-
sion does not relax the achievability bound because

P (V1,n = V2,n) = 0. (19)

The probability of error of the minimum distance decoder
after n channel uses is bounded as follows. Let

Kn = min
i=1,2

(Vi,n) (20)

and define a function λ such that

P (Ŵ 6= W |Yn = yn)

(a)

≤ P (V2,n = υ|Kn = υ,Yn = yn)

≤ λ(υ, yn)

(21)

where (a) is due to the process of minimum distance decoding
and the assumption that the event V1,n = V2,n always results
in an error. In the case of a continuous channel, the probability
of this event is zero as in (19), and (a) can be an equality.

Note that the transmission should only stop when,

P (Ŵ 6= W |Yn = yn) ≤ ǫ. (22)

If the stoppage criterion is λ(υ, yn) ≤ ǫ, constraint (22) will
always be satisfied. Hence, let a stopping time

τ = inf{n ≥ 0 : λ(Kn,Yn) ≤ ǫ} (23)

then

l ≤ E[τ ]. (24)

This achievability bound can be used with any channel
for which the minimum distance decoder is optimal, such
as the binary symmetric channel (BSC), the binary erasure
channel (BEC), and the Gaussian channel. The focus of
this work is on the latter. We conjecture, however, that in
the cases where information density is maximized by the
minimization of distance, such as in the BSC and the BEC
[3], the particularization of the bound is equivalent to the one
in [4].

IV. THE GAUSSIAN CHANNEL

The Gaussian Channel, a continuous channel with additive
Gaussian noise and a power constraint, is the most fundamen-
tal and well-studied among continuous channels. Specifically,
for channel input Xn ∈ R

n, the channel output is

Yn = Xn + Zn (25)

where Zn ∼ N (0, σ2
ZIn) and Yn ∈ R

n. In the context of fixed
blocklength codes, the literature often defines various power
constraints, which differ based on whether the restriction
applies to each codeword or the entire codebook [3], [8]. For
VLSF codes, as defined in this paper, the codebook consists

of infinite-dimensional codewords, and the most natural power
constraint is as follows. Let the codeword ci ∈ R

n that satisfies

lim
n→∞

‖cni ‖
2

n
= σ2

X (26)

for i = 1, ...,M . We use the notation of σ2
X for the power of

the codeword because the power of a zero-mean signal is equal
to its variance. Hence, the signal-to-noise ratio is γ = σ2

X/σ2
Z .

The achievability bound for VLSF coding over the Gaussian
channel can be assessed with the use of the following theorem.

Theorem 2. For the Gaussian channel with signal-to-noise

ratio γ, let a channel output Y given that the channel input

is X = (X1, X2, ..., Xn, ...). The channel input follows the

N (0, I∞). Then

Λ = ‖Yn‖2 (27)

d(Xn,Yn) = (X1 − Y1)
2 + ...+ (Xn − Yn)

2, (28)

τ = inf{n ≥ 0 : λ(d(Xn,Yn),Λ) ≤ ǫ}, (29)

λ(υ, ν) =
λ1(υ, ν)

λ1(υ, ν) + λ2(υ, ν)
, (30)

where

λ1(υ, ν) = (M − 1)fX 2
n
(υ; ν)

·

∫ ∞

υ

fΓ(x; 2
−1n, 2γ−1)fX 2

n
(ν;x)dx,

(31)

and

λ2(υ, ν) = fΓ(υ; 2
−1n, 2γ−1)fX 2

n
(ν; υ)(1 − FX 2

n
(υ; ν)).

(32)

Then for any M there exists an (l,M, ǫ) VLSF code with

l ≤ E[τ ]. (33)

Proof. We apply Theorem 1. The appropriate distance metric
over Rn is the Euclidean distance

dE(X
n,Yn) =

√

(X1 − Y1)2 + ...+ (Xn − Yn)2. (34)

However, as the codeword distances are only compared in
search of the minimum, using the squared Euclidean distance
is convenient,

d(Xn,Yn) = (X1 − Y1)
2 + ...+ (Xn − Yn)

2. (35)

Many distributions that describe this metric for random vectors
are readily available, and the resulting bounds remain the
same.

Each codeword is a standard normal random vector meaning
that it is a realization of the infinite-dimensional multivariate
normal distribution with mean vector 0 and covariance matrix
I∞. The choice of this distribution is based on the fact that
it is capacity-achieving for the Gaussian channel, i.e. optimal
for n → ∞. We conjecture that it gives good bounds for finite
n as well.

Given that the codebook is distributed as mentioned above,
V1,n = d(X1,Y) follows the the gamma distribution with



shape 2−1n and scale 2γ−1. The distances d(Xi,Y) for
i = 2, ...,M follow the non-central chi-squared distribution
with non-centrality parameter

Λ = ‖Yn‖2. (36)

Therefore, the cumulative distribution function of V2,n given
Λ = ν is the following.

FV2,n
(x; ν) = P (V2,n ≤ x)

= 1− P (V2,n ≥ x)

= 1−
M∏

i=2

P (d(Xi,Y) ≥ x)

= 1− P (d(X2,Y) ≥ x)M−1

= 1− (1− FX 2
n
(x; ν))M−1.

(37)

Then, the probability density function is

fV2,n
(x; ν)

=
dFV2,n

(x; ν)

dx
= (M − 1)(1− FX 2

n
(x; ν))(M−2)fX 2

n
(x; ν).

(38)

Hence, the probability of error of the minimum distance
decoder after the reception of the nth symbol can be evaluated
by the function λ(υ, ν) derived in (39) at the bottom of the
page. In this derivation, (a) is a result of the conditional
independence of V1,n and V2,n given Yn. Equation (b) is a
result of the spherical symmetry of the distributions of the

channel input and output, where ν = ‖yn‖2. This step is
further discussed in Appendix A.

Following Theorem 1, define a stopping time

τ̄ = inf{n ≥ 0 : λ(Kn,Λ) ≤ ǫ} (40)

where

Kn = min
i=1,2

(Vi,n). (41)

We can avoid this minimization and use as input V1,n to the
function λ since, as explained in [8], the Gaussian density is
monotone with distance. This means that a higher distance
results in a higher probability of error and a slightly relaxed
upper bound in our case. Let a stopping time

τ = inf{n ≥ 0 : λ(V1,n,Λ) ≤ ǫ}. (42)

Since,

λ(Kn,Λ) ≤ λ(V1,n,Λ) (43)

then

l ≤ E[τ̄ ] ≤ E[τ ]. (44)

When ǫ is fixed near zero, this relaxation is negligible
because the decoder stops the transmission anyway when V1,n

is less than V2,n with probability 1− ǫ. Nevertheless, for the
purpose of completeness, we discuss in Appendix B how to
efficiently sample realizations of V2,n.

P (Ŵ 6= W |Yn = yn) = P (V2,n = υ|Kn = υ,Yn = yn)

=
P (Kn = υ|V2,n = υ,Yn = yn)P (V2,n = υ|Yn = yn)

P (Kn = υ|Yn = yn)

=
P (V1,n ≥ υ|V2,n = υ,Yn = yn)P (V2 = υ|Yn = yn)

P (V1,n = υ, V2,n > υ|Yn = yn) + P (V1,n ≥ υ, V2 = υ|Yn = yn)

(a)
=

P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Yn = yn)

P (V1,n = υ|Yn = yn)P (V2,n > υ|Yn = yn) + P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Yn = yn)

(b)
=

P (V1,n ≥ υ|Λ = ν)P (V2,n = υ|Λ = ν)

P (V1,n = υ|Λ = ν)P (V2,n > υ|Λ = ν) + P (V1,n ≥ υ|Λ = ν)P (V2,n = υ|Λ = ν)

=
P (V1,n ≥ υ,Λ = ν)P (V2,n = υ|Λ = ν)

P (V1,n = υ,Λ = ν)P (V2,n > υ|Λ = ν) + P (V1,n ≥ υ,Λ = ν)P (V2,n = υ|Λ = ν)

=
fV2

(υ;n, ν)
∫∞

υ
fΓ(x; 2

−1n, 2γ−1)fX 2
n
(ν;x)dx

fΓ(υ; 2−1n, 2γ−1)fX 2
n
(ν; υ)(1 − FV2

(υ;n, ν)) + fV2
(υ;n, ν)

∫∞

υ
fΓ(x; 2−1n, 2γ−1)fX 2

n
(ν;x)dx

=
(M − 1)(1− FX 2

n
(υ; ν))(M−2)fX 2

n
(υ; ν)

∫∞

υ
fΓ(x; 2

−1n, 2γ−1)fX 2
n
(ν;x)dx

[
fΓ(υ; 2

−1n, 2γ−1)fX 2
n
(ν; υ)(1 − FX 2

n
(υ; ν))M−1

+ (M − 1)(1− FX 2
n
(υ; ν))(M−2)fX 2

n
(υ; ν)

∫∞

υ
fΓ(x; 2

−1n, 2γ−1)fX 2
n
(ν;x)dx

]

=
(M − 1)fX 2

n
(υ; ν)

∫∞

υ
fΓ(x; 2

−1n, 2γ−1)fX 2
n
(ν;x)dx

fΓ(υ; 2−1n, 2γ−1)fX 2
n
(ν; υ)(1 − FX 2

n
(υ; ν))+(M − 1)fX 2

n
(υ; ν)

∫∞

υ
fΓ(x; 2−1n, 2γ−1)fX 2

n
(ν;x)dx

= λ(υ, ν)
(39)



Fig. 1. Numerical evaluation of Theorem 2 for signal-to-noise ratio γ = 1 (0 dB) and average probability of error ǫ = 10
−3. The capacity of the channel

and the normal approximation for fixed-length coding without feedback are also presented.

V. NUMERICAL ANALYSIS

Theorem 2 does not provide a closed-form formula for
evaluation of the achievable rate of an (l,M, ǫ) VLSF code.
However, it provides an upper bound to the probability of
error of a single transmission and therefore can be used with
Monte Carlo experiments to approximate E[τ ]. In Figure 1,
we present the numerical evaluation of Theorem 2 for signal-
to-noise ratio γ = 1 (0 dB) and average probability of error
ǫ = 10−3. Additionally, the normal approximation of fixed-
length coding without feedback is presented for comparison
purposes [3, (296)]. Evidently, the significant improvements
achieved by VLSF codes in [4] for discrete channels are also
attainable for the Gaussian channel.

VI. CONCLUSIONS

This paper provides an achievability bound on the rate
of variable-length stop-feedback codes based on minimum
distance decoding. This result can be used with any channel
where minimum distance decoding is optimal, such as the
BSC, the BEC, and the Gaussian channel. The particularization
of this general bound for the Gaussian channel establishes
the framework for approximating the average blocklength as
well as the probability mass function of the decoding times
via Monte Carlo experiments. Numerical analysis verifies that
VLSF codes over the Gaussian channel have a significantly
higher achievable rate for a given average blocklength com-
pared to fixed-length codes without feedback. Our analysis
assumes that feedback is instantaneous and it does not affect
the rate of the code. An interesting question arises of how to
utilize the probability mass function of the decoding times

to select the optimal ones in order to maximize the rate
k/(n + nf ), where k is the payload and nf is the number
of the uses of the feedback channel.
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APPENDIX A
COMPLEMENT TO THE PROOF OF (39)

In derivation (45), at the bottom of the page, equality
(a) stems from the fact that V2,n is the minimum of non-
central chi-squared random variables that depend only on
Λ = ‖yn‖2 = ν. To establish equality (b) in (39), it is
sufficient to demonstrate the following.

P (V1,n = υ|Λ = ν)

P (V1,n ≥ υ|Λ = ν)

(a)
=

∫

x
P (V1,n = υ|Λ = ν,Yn = x)fYn|Λ=ν(x)dx

∫

x
P (V1,n ≥ υ|Λ = ν,Yn = x)fYn|Λ=ν(x)dx

(b)
=

∫

x
P (V1,n = υ|Yn = x)fYn|Λ=ν(x)dx

∫

x
P (V1,n ≥ υ|Yn = x)fYn|Λ=ν(x)dx

(c)
=

∫

x
P (V1,n = υ|Yn = yn)fYn|Λ=ν(x)dx

∫

x
P (V1,n ≥ υ|Yn = yn)fYn|Λ=ν(x)dx

=
P (V1,n = υ|Yn = yn)

∫

x
fYn|Λ=ν(x)dx

P (V1,n ≥ υ|Yn = yn)
∫

x
fYn|Λ=ν(x)dx

=
P (V1,n = υ|Yn = yn)

P (V1,n ≥ υ|Yn = yn)
.

(46)

Here, (a) follows from the law of total probability, (b) from
noting that the integrand is greater than zero only when
‖x‖2 = ‖yn‖2 = ν; in this case, the condition Λ = ν does not
provide extra information. Finally, (c) arises from the spherical
symmetry of the distributions of the channel input, the noise,
and the channel output. This implies that

P (V1,n = υ|Yn = yn) = P (V1,n = υ|Yn = ȳn) (47)

for any ȳn such that ‖ȳn‖2 = ‖yn‖2.

APPENDIX B
SAMPLING OF V2,n

As mentioned in Section IV, the production of samples of
V2,n can be avoided with a slight relaxation of the achievability
bound. Despite this fact, we give a method based on inverse
sampling [9, Theorem 2.1]. Its basic concept is the following.
Let an continuous random variable T with cdf FT and quantile
function F−1

T . Then,

T = F−1
T (U) (48)

where U is uniformly distributed in [0, 1].

A recursive method is proposed for the sampling of V2,n.
Assuming, without loss of generality, that the realization of
d(Xn−1

2 ,Yn−1) = k is the minimum, hence

V2,n−1 = k. (49)

Note that

V2,n = min
j=2,...,M

d(Xn
j ,Yn)

= V2,n−1 + min
j=2,...,M

(d(Xn
j ,Yn)− V2,n−1)

= V2,n−1 +min(Z1, Z2).

(50)

where Z1 follows the non-central chi-squared distribution with
1 degree of freedom and non-centrality parameter Y 2

n and

Z2 = min
j=3,...,M

(d(Xn
j ,Yn)− V2,n−1)

= min
j=3,...,M

Qj.
(51)

Random variables Qj for j = 3, ...,M are conditionally
independent given Yn and V2,n−1, and they are identically
distributed as follows.

Qj ∼ W = W1 +W2. (52)

Random variable W1 follows the same distribution as Z1 and
W2 follows the conditioned non-central chi-squared distribu-
tion with pdf

fW2
(x) = fX 2

n−1
|X 2

n−1
≥k(x; η)

=
1{x ≥ k}fX 2

n−1

(x; η)

1− FX 2

n−1

(k; η)

(53)

where

η = ‖yn−1‖2. (54)

Then, the cdf of W is

P (Ŵ 6= W |Yn = yn) =
P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Yn = yn)

P (V1,n = υ|Yn = yn)P (V2,n > υ|Yn = yn) + P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Yn = yn)

(a)
=

P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Λ = ν)

P (V1,n = υ|Yn = yn)P (V2,n > υ|Λ = ν) + P (V1,n ≥ υ|Yn = yn)P (V2,n = υ|Λ = ν)

=
P (V2,n = υ|Λ = ν)

P (V1,n=υ|Yn=yn)
P (V1,n≥υ|Yn=yn)P (V2,n > υ|Λ = ν) + P (V2,n = υ|Λ = ν)

(45)



FW (w) =

∫ ∞

0

FW1
(w − x)fW2

(x)dx

=

∫ ∞

0

FW1
(w − x)

1{x ≥ k}fX 2

n−1

(x; η)

1− FX 2

n−1

(k; η)
dx

=

∫ ∞

k

FW1
(w − x)

fX 2

n−1

(x; η)

1− FX 2

n−1

(k; η)
dx

=

∫ ∞

0

FW1
(w − x)

fX 2

n−1

(x; η)

1− FX 2

n−1

(k; η)
dx

−

∫ k

0

FW1
(w − x)

fX 2

n−1

(x; η)

1 − FX 2

n−1

(k; η)
dx

=

[ ∫∞

0
FW1

(w − x)fX 2

n−1

(x; η)dx

−
∫ k

0
FW1

(w − x)fX2

n−1

(x; η)dx)
]

1− FX 2

n−1

(k; η)

=
FX 2

n
(w; ‖yn‖2)−

∫ k

0
FW1

(w − x)fX 2

n−1

(x; η)dx

1− FX 2

n−1

(k; η)
.

(55)

Finally, similarly to (37), the cdf of Z2 is

FZ2
(x) = 1− (1− FW (x))M−2. (56)

Since F−1
Z2

is a monotonic function, it can be numerically
approximated in an efficient manner. When combined with
the recursion (50), it can then be used to generate realizations
of V2,n.
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