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Abstract

We study when low coordinate degree functions (LCDF)—linear combinations of functions
depending on small subsets of entries of a vector—can hypothesis test between high-dimensional
probability measures. These functions are a generalization, proposed in Hopkins’ 2018 thesis but
seldom studied since, of low degree polynomials (LDP), a class widely used in recent literature
as a proxy for all efficient algorithms for tasks in statistics and optimization. Instead of the
orthogonal polynomial decompositions used in LDP calculations, our analysis of LCDF is based
on the Efron-Stein or ANOVA decomposition, making it much more broadly applicable. By
way of illustration, we prove channel universality for the success of LCDF in testing for the
presence of sufficiently “dilute” random signals through noisy channels: the efficacy of LCDF
depends on the channel only through the scalar Fisher information for a class of channels
including nearly arbitrary additive i.i.d. noise and nearly arbitrary exponential families. As
applications, we extend lower bounds against LDP for spiked matrix and tensor models under
additive Gaussian noise to lower bounds against LCDF under general noisy channels. We also
give a simple and unified treatment of the effect of censoring models by erasing observations at
random and of quantizing models by taking the sign of the observations. These results are the
first computational lower bounds against any large class of algorithms for all of these models
when the channel is not one of a few special cases, and thereby give the first substantial evidence
for the universality of several statistical-to-computational gaps.
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1 Introduction

An effective theory of high-dimensional statistics requires computational as well as statistical
considerations—in working with large datasets, it matters not only whether it is possible to solve
a problem with some computation, but also whether that computation is efficient. A rich lit-
erature has grown around understanding the difference between these two demands, including
statistical-to-computational gaps between the parameter regimes where a problem can be solved at
all and those where it can be solved efficiently. Such gaps are conjectured to occur in problems
including finding weak community structure [DKMZ11b, DKMZ11a, Moo17, Abb17] and planted
cliques [Jer92, MPW15, BHK+19] in random graphs, various forms of principal component anal-
ysis for matrices [BR13, LKZ15b, LKZ15a, BMV+18, PWBM18, EAKJ20] and tensors [RM14,
LML+17, BGJ20, JLM20], and numerous other problems [AMK+18, COGHK+22, KLLM22]. Un-
fortunately, it seems out of reach of current techniques to show that such problems are compu-
tationally hard under standard complexity-theoretic assumptions like P 6= NP. Instead, many
other forms of evidence of computational hardness have been proposed, including the analysis of
various specific classes of algorithms (such as convex optimization and the sum-of-squares hierar-
chy [BHK+19, HKP+17, RSS18], Markov chain Monte Carlo [Jer92, DFJ02, CMZ23, GJX23], and
message-passing algorithms inspired by statistical physics [ZK16]), the study of the geometry of
solution spaces and optimization landscapes [ACO08, IKKM12, GS14, GM17, BAMMN19, GZ19],
and reductions among average-case problems [BR13, MW15, BBH18, BB19, BB20].

One class of computations that has come to play a central role in this pursuit is low degree
polynomial (LDP) algorithms. LDP are simple to describe—as the name suggests, they just com-
pute polynomials of the given data to solve a problem—and convenient to analyze, and yet seem
just as powerful as other, more complicated algorithms for many settings of hypothesis testing
[BHK+19, HKP+17, Hop18, BKW20, KWB22, DKWB23, BBK+21, BAH+22, BBH+20], estima-
tion [HS17, SW22, MW22], optimization [GJW20, Wei22], and constraint satisfaction [BH22]. How-
ever, analyzing LDP also comes with some drawbacks. First, its scope is currently limited to data
with convenient probability distributions that admit explicit families of orthogonal polynomials,
which give a well-behaved basis in which to consider arbitrary LDP algorithms. In particular, the
vast majority of LDP results concern just two data distributions: Gaussian and Bernoulli. Second,
LDP analyses typically involve repetitive combinatorial calculations (arising from high-dimensional
orthogonal polynomial expansions), which address computational hardness on a case-by-case basis
but arguably do not grant much insight into what aspects of a problem make it costly to solve.
The LDP framework so far has yielded a large zoo of examples of hard problems and statistical-to-
computational gaps, but not yet a theory to draw quick and accurate conclusions about questions
like: how will this problem change if we are provided with side information? If we only make a
fraction of our observations? If our data are corrupted by a different kind of noise?

In this paper, we develop tools to work with the more general class of low coordinate degree
function (LCDF) algorithms. We will see that LCDF are amenable to a much more general theory
than LDP. In particular, we give an analysis of the performance of LCDF for a class of hypothesis
testing tasks under essentially arbitrary noise models, and take initial steps towards developing
rules for how computational hardness changes under simple modifications of a statistical model.

1.1 Detecting structured latent variables

Many models of hypothesis testing exhibiting statistical-to-computational gaps may be cast in the
following general way; we will phrase all of our main results in these terms.
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Definition 1.1 (Continuous latent variable model). Let Σ ⊆ R contain zero, and N ≥ 1. Let
X be a probability measure over ΣN , and, for each x ∈ Σ, let Px be a probability measure over a
measurable space Ω. A continuous1 latent variable model (CLVM) specified by these objects (X ,P)
consists of the following pair of probability measures over ΩN :

1. Sample y ∼ Q by sampling yi ∼ P0 for each i ∈ [N ] independently.

2. Sample y ∼ P by first sampling x ∼ X . Then, sample yi ∼ Pxi
for each i ∈ [N ] independently.

The latent variable is x that is observed only indirectly through y under P. Often one is interested
in estimating x; however, we will focus here on the task of hypothesis testing between Q and P,
i.e., between x = 0 and x ∼ X , which we call detection of the signal x ∼ X . We work with the
following specific notion.

Definition 1.2 (Strong detection). Consider pairs of probability measures Pn,Qn over measurable
spaces Ωn. We say that functions testn : Ωn → {p, q} achieve strong detection if

lim
n→∞

Pn[testn(y) = q] = lim
n→∞

Qn[testn(y) = p] = 0, (1)

that is, if the sequence of hypothesis tests testn have both Type I and Type II error probabilities
tending to zero. When this asymptotic setting is clear from context, we informally call the entire
sequence (testn) “a test.”

We refer to the possibility of strong detection by an arbitrary test as statistical feasibility of such
a problem, and to the possibility of strong detection by an efficiently computable test (meaning in
polynomial time in n, unless otherwise specified) as computational feasibility.

We call X the prior (on x) and the collection of measures P = (Px)x∈Σ the channel through
which we observe x.2 The major assumption of such a model is that Q is a product measure and
P is a product measure after conditioning on the latent variable x.

Remark 1.3 (Signal-to-noise parameters). Many models of interest also include an explicit signal-
to-noise (SNR) parameter. This is a scalar λ > 0 that enters linearly into X = Xλ, so that there is
some base measure X̃ and we sample x ∼ Xλ by drawing x̃ ∼ X̃ and setting x = λx̃. We abbreviate
this relationsip of measures X = λ · X̃ . One then looks, over a growing sequence of priors X̃n and
resulting Xn,λ = λ · X̃n, at how λ = λ(n) must scale for detection to become possible as n → ∞,
either statistically or computationally.

Two important channels, those by far most widely studied in the literature, give the following
special CLVMs:

• Additive or Wigner Gaussian models, where Σ = Ω = R and Px = N (x, σ2) for some σ2 > 0.
Under Q we observe an i.i.d. Gaussian vector y ∼ N (0, σ2IN ), while under P we observe
y = x+ z for x ∼ X and z ∼ N (0, σ2IN ).

• Bernoulli models, where Σ = [−c, 1− c], Ω = {0, 1}, and Px = Ber(c+ x) for some c ∈ (0, 1).
Under Q we observe an i.i.d. vector of i.i.d. Bernoulli random variables yi ∼ Ber(c), while
under P we draw x ∼ X and observe biased Bernoulli variables yi ∼ Ber(c+ xi).

1The term “continuous” here refers to Σ consisting of real numbers. A companion paper will examine the com-
plementary discrete setting.

2Often in related literature the channel is written as a conditional probability P(y | x), but our notation Px will
be more convenient later to speak about the individual measures Px.
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For instance, spiked (Wigner, not Wishart) matrix and tensor models are usually formulated as ad-
ditive Gaussian models, and random graph models like the planted clique, planted dense subgraph,
and stochastic block models as Bernoulli models.

These are not the only interesting channels: other work has considered exponential [MMX19],
folded Gaussian [CKK+10], and Poisson [KN11] observations, for example, as well as general ad-
ditive noise for continuous signals [LKZ15a, KXZ16, PWBM18, MRY18] and general observation
models for discrete signals [LMX15, BBH19, DWXY21]. Yet, some of our most useful tools are re-
stricted to Gaussian and Bernoulli channels. We next review some of these tools for understanding
the computational power of LDP for detection in CLVMs through these special channels.

1.2 Low degree algorithms

The simple yet powerful class of low degree polynomial (LDP) algorithms seek to solve a detection
problem by computing a low degree polynomial of y whose typical value is different under y ∼ P

and y ∼ Q. The following quantity, which we follow some recent work like [RSWY23] in calling the
advantage, gives a simple measurement of how well LDP can “separate” P and Q.3

Adv≤D(X ,P) :=





maximize Ey∼P f(y)
subject to Ey∼Q f(y)

2 ≤ 1,
f ∈ R[y]≤D



 . (2)

The following rough conjecture, which originates in a line of work on sum-of-squares optimiza-
tion [BHK+19, HS17, HKP+17, Hop18], expresses the idea that polynomials are optimal efficient
tests for a given runtime budget. It is imprecise, and various pathological cases have been devised
to refute the conjecture without some additional clauses [HW21, Kun21a, KM21, DK22, ZSWB22],
but for many problems it gives predictions of hardness that match all other evidence.

Conjecture 1.4 (Informal low degree conjecture). Consider a sequence of CLVMs (Xn,P), giving
rise to sequences of measures Pn and Qn on ΩN for some N = N(n). For “sufficiently nice”
priors and channels (see Chapter 2 of [Hop18] for some discussion of how these conditions might
be formalized), we conjecture:

1. If, for some D = D(n) = ω(log n), Adv≤D(Xn,P) = O(1) as n → ∞, then there is no test
computable in time polynomial in n that achieves strong detection between Pn and Qn.

2. If, for some D = D(n) = ω(1), Adv≤D(Xn,P) = O(1) as n → ∞, then there is no test
computable in time exp(D/polylog(n)) that achieves strong detection between Pn and Qn.

The second case is meant to allow for the study of subexponential time algorithms when we take
D = nδ for some δ ∈ (0, 1) (see, e.g., [DKWB23]).

Conversely, the unboundedness of the advantage also seems to have computational consequences:
if, e.g., for D = (log n)K we have Adv≤D(Xn,P) = ω(1), then we expect there to be an algorithm
running in quasipolynomial time nD = exp(polylog(n)) that distinguishes P from Q, namely, com-
puting and thresholding the polynomial that is the optimizer in the advantage (2). This, too, is
not always true, but for “nice” problems and when we are considering D = polylog(n) it does seem
to be accurate; see Section 4 of [KWB22] for discussion. Thus, technicalities aside, the bottom line
that we will take as our motivation going forward is that the boundedness or divergence of

the advantage appears to govern the computational hardness of strong detection.

3A perhaps more natural notion of separation, treating P and Q symmetrically, is given in [BAH+22, RSWY23].
As detailed there, bounding the advantage is a means of excluding this kind of separation. We could apply this
alternative framing to LCDF as well, but we do not pursue that direction here.
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The advantage may be analyzed quite directly in some models, because the optimal f may be
characterized as the orthogonal projection in L2(Q) of the likelihood ratio dP/dQ to the subspace
of polynomials of degree at most D, the low degree likelihood ratio (LDLR) (see, e.g., Proposi-
tion 1.15 of [KWB22]). The advantage itself is the norm in L2(Q) of the LDLR. Beyond that
general characterization, we also have the following elegant computation specifically for additive
Gaussian models.

Proposition 1.5 (Additive Gaussian advantage; Theorem 2.6 of [KWB22]). For any prior X and
σ2 > 0,

Adv≤D(X ,N (x, σ2))2 = E
x(1),x(2)∼X

exp≤D

(
1

σ2
〈x(1),x(2)〉

)
, (3)

where x1 and x2 are independent draws from X and exp≤D is the truncated Taylor series of the
exponential function,

exp≤D(t) :=

D∑

d=0

td

d!
. (4)

The proof explicitly decomposes the LDLR in orthogonal polynomials in L2(Q), which, since Q is
a Gaussian product measure, are the multivariate Hermite polynomials.

This formula is remarkable in how nicely the roles of the three parameters D,X , and P separate:
D determines the truncation of the exponential power series, X determines the distribution of
〈x(1),x(2)〉, and P determines the variance σ2. Especially remarkable is that the advantage—a
priori a function of the high-dimensional measure X—only depends on the distribution of the
scalar inner product 〈x(1),x(2)〉, for which we borrow from statistical physics the term overlap.
This dramatically reduces the dimensionality of the computation of the advantage, which is both
formally intriguing and practically useful for proving LDP lower bounds and other results (see, e.g.,
the arguments of [BKW20, KWB22, BBK+21, BAH+22]). We might view the Gaussian additive
channel N (x, σ2) as leading to an integrable CLVM, where we can give a compact closed form for
the advantage using the special structure of the Hermite polynomials.

A few further channels, including Bernoulli, have been found to lead to likewise integrable
CLVMs which can be directly compared to Gaussian models (see Section 1.5). These findings,
however, are still very brittle: with these tools we still cannot say anything about the performance
of LDP, for example, for a channel applying additive noise with a density given by a slight per-
turbation of the Gaussian density, though it is intuitively obvious that this should not change the
computational cost of detection very much.

1.3 Low coordinate degree algorithms

We now introduce the low coordinate degree functions (LCDF) that will generalize LDP. In words,
while LDP are linear combinations of low degree monomials—products of entries in a small number
of coordinates of a vector—LCDF are linear combinations of arbitrary functions of entries in a small
number of coordinates.

For y ∈ ΩN and T ⊆ [N ], we write yT ∈ ΩT for the restriction of y to the coordinates in T .
We define subspaces of L2(Q)

VT := {f ∈ L2(Q) : f(y) depends only on yT }, (5)

V≤D :=
∑

T⊆[N ]
|T |≤D

VT . (6)

4



Here a sum of subspaces V + W is the set of all v + w with v ∈ V and w ∈ W . Note that
V[N ] = V≤N = L2(Q).

Definition 1.6 (Coordinate degree). For f ∈ L2(Q), cdeg(f) := min{D : f ∈ V≤D}.

For f a polynomial we have deg(f) ≤ cdeg(f), so R[y]≤D ⊆ V≤D, and LCDF are indeed a larger
class than LDP for a given degree bound D. We note also that, unlike polynomial degree, all L2

functions have a finite coordinate degree.
This broader class was proposed in Hopkins’ thesis [Hop18], where it was suggested as a more

natural collection of statistics than LDP, in particular one that is closed under arbitrary entrywise
transformations. Yet, to the best of our knowledge, LCDF have only been studied a few times
subsequently in some special cases [BBH+20, KM21, HM24].

Paralleling the LDP framework, we define the coordinate advantage

CAdv≤D(X ,P) :=





maximize Ey∼P f(y)
subject to Ey∼Q f(y)

2 ≤ 1,
f ∈ V≤D



 ≥ Adv≤D(X ,P). (7)

As for LDP, the optimal f is the orthogonal projection of the likelihood ratio to V≤D, which we
call the low coordinate degree likelihood ratio (LCDLR), and the coordinate advantage is the norm
of this projection.

We call Adv≤D the polynomial advantage when we want to emphasize the distinction between
it and CAdv≤D. Because of the above inequality, bounding the coordinate advantage also bounds
the polynomial advantage and thus, conditional on Conjecture 1.4, shows computational hardness
of strong detection.4 Alternatively, one may view bounding the coordinate advantage as just a
lower bound against LCDF, which are an interesting class of algorithms, at least as powerful as
LDP, and perhaps, as Hopkins proposed, more natural. And conversely, as for LDP, the divergence
of the coordinate advantage reasonably suggests that there should be an LCDF-based algorithm
achieving strong detection.

1.4 Summary of contributions

We present informal summaries of our main results before giving precise statements in Section 3.

General theory on universality The following summarizes what our general results for arbi-
trary CLVMs will imply. We indicate “in quotation marks” the vague terms to be clarified later.

Theorem 1.7 (Informal). The coordinate advantage is the same up to constants for a “sufficiently
dilute” prior observed through any channel having a given Fisher information (a scalar parame-
ter) that either (1) is addition of i.i.d. noise with a “sufficiently nice” distribution (including any
symmetric, positive, and smooth density on R), or (2) makes observations in a “sufficiently nice”
exponential family (including that generated by any subgaussian base measure).

When Theorem 1.7 applies, the coordinate advantage is also close to the polynomial advantage for
the additive Gaussian channel, for which we have the formula of Proposition 1.5 and numerous
prior results. This existing analysis of additive Gaussian models therefore generalizes through our
results “for free” to much more general noise models.

4One may of course also formulate a “low coordinate degree conjecture” paralleling Conjecture 1.4, for a version
of which the reader may consult [Hop18].
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Applications In this way, we will show the universality of two of the best-known statistical-
to-computational gaps in high-dimensional hypothesis testing: those in spiked matrix [Joh01] and
spiked tensor models [RM14]. In brief: we consider, for q ≥ 2, λ = λ(n) ≥ 0, and x ∈ Rn a
suitably scaled random vector, distinguishing a symmetric tensor of i.i.d. random variables from
one to which the rank one “signal” tensor λx⊗q has been added. In both the matrix case q = 2
and the tensor case q ≥ 3, the computational difficulty of the problem depends on λ. In the matrix
case, there is a “sharp” critical λcomp such that for λ < λcomp strong detection is believed to require
nearly exponential time in n, while for λ > λcomp a simple algorithm achieves strong detection. In
the tensor case, there is a “smoother” transition between the easy and hard regimes, where there is
a range of values of λpoly < λ < λexp for which strong detection is believed to require subexponential
time exp(O(nδ)) for δ ∈ (0, 1) depending on λ.5 In both cases, previous work gave evidence for
these claims under Gaussian noise by analyzing LDP [HKP+17, Hop18, KWB22]. We give a twofold
generalization, identifying the computationally hard regimes of λ for the broader class of LCDF
and for nearly arbitrary additive noise.6 Notably, these results follow nearly automatically from
our general results applied to the above prior work.

Channel calculus Lastly, we begin to develop a “calculus” that seeks to understand how general
modifications of the noisy channel affect the difficulty of hypothesis testing. We consider two
operations applied after the noisy channel in a CLVM:

1. In censorship, meant to describe “missing data” in statistical parlance, each coordinate yi of
our observation is replaced with a null symbol “•” independently with probability η ∈ [0, 1].

2. In quantization, meant to describe observations with low numerical precision, each coordinate
yi of our observation is replaced with sgn(yi).

Each may be seen as transforming the channel P into a new channel P ′. We compute the Fisher
information following either transformation, which, per Theorem 1.7, describes how the computa-
tional cost of strong detection changes. As a consequence, in the spiked matrix and tensor models,
we obtain—again nearly automatically—predictions of computational thresholds with accompa-
nying lower bounds against LCDF under arbitrary noise and when a constant fraction η of the
observations are withheld or when the observations are quantized.

1.5 Related work

Universality in probability theory The paradigm of studying a class of models by first thor-
oughly understanding integrable models that allow for exact algebraic computations and then
appealing to universality phenomena that relate general models to integrable ones is common in
probability theory. For example, one may study general random walks on R through the simple
random walk on Z [Don51], general random matrices through Gaussian random matrices like the
Gaussian orthogonal ensemble [ESY11], and general surface growth models through ones with spe-
cial combinatorial structure like the asymmetric simple exclusion process [Cor12]. Our aim here is
to initiate such a program for low degree algorithms. It is an interesting and important question
to understand universality for other classes of algorithms and computations as well, which has in
various senses been considered by recent works like [DT19, WZF22, DMLS23].

5In either case there is also a statistical threshold, an even smaller λstat below which strong detection is impossible.
6We also discuss in Remarks 3.24 and 3.29 how suitable choices of exponential family channels yield lower bounds

for certain formulations of the stochastic block model.
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Further integrable channels Similar calculations to those underlying Proposition 1.5 are also
possible for Bernoulli channels, using the Boolean Fourier basis, the orthogonal polynomials for
Ber(12 ), to give a closed form for the advantage. The author’s work [Kun21a] extended this kind
of calculation to other channels where Px belong to a special class of exponential families, such as
binomial, geometric, Poisson, and exponential, again using algebraic properties of the orthogonal
polynomials for those families. That work (as well as Appendix B of [BBK+21] for the Bernoulli
case) also gave comparison inequalities relating the advantage under such channels to the Gaussian
advantage. Our results may be seen as a major generalization of those, which still rely heavily on
algebraic structure and thus only apply to a few integrable channels.

Channel universality Universality for statistical tasks with respect to the output channel has
also been studied before. The special case of spiked matrix models was studied by [LKZ15a, KXZ16,
PWBM18], who noticed the central role of the Fisher information. However, these results considered
either statistical analysis or special algorithms like computing matrix eigenvalues and approximate
message passing. Ours is the first result in this direction to show channel universality of the behavior
of a broad class of algorithms; perhaps our main conceptual observation is that the analysis of low
degree algorithms is formally similar enough to a “truncation” of the statistical analysis that some
key technical ideas of the above works still apply. Taking a different approach, [BBH19] argued for
channel universality for the particular problem of submatrix detection by considering reductions
between different output channels. This gives results applying to all polynomial time algorithms,
but is restricted to one specific class of priors X specifying the submatrix detection problem, while
our results allow for a broad range of X .

Low coordinate degree algorithms Since their proposal in Hopkins’ thesis [Hop18], LCDF
have made a few further appearances. In [KM21, HM24], they were used to formulate LDP when the
output of a channel is categorical, taking discrete values in some finite set of labels, yi ∈ {ℓ1, . . . , ℓk}.
In this case, LCDF and LDP are actually equivalent, so long as LDP are taken over a “one-
hot” encoding of the yi as (1{yi = ℓj})i∈[N ],j∈[k] (see our Example A.5 and discussion throughout
[KM21]). In a different vein, [BBH+20] drew a connection between LCDF and the statistical query
model of hypothesis testing, where an algorithm is allowed a budget of arbitrary queries of a
probability measure. This work considered LCDF with a very “coarse” notion of coordinate, where
one observes, e.g., many weakly informative samples of a random vector, each of which counts as
one coordinate of the entire observation. This is a very special case of the general latent variable
model (without the “continuity” assumption) we give in Definition 4.1 where P and Q are both
product measures, albeit over a higher-dimensional domain.

Efron-Stein decomposition In statistics and analysis, the idea of our technique for project-
ing the likelihood ratio to LCDF has variously been referred to as Efron-Stein, analysis of vari-
ance (ANOVA), or Hoeffding decomposition. It is presented, for instance, in Section 8.3 of [O’D14].
Its use in statistical applications is that a refinement of the subspaces VT that we present in Ap-
pendix A may be used to compute a measurement of the “collective contribution from the coordinate
set T” to the total variance of the random variable f(y) for y ∼ Q, which underpins the ANOVA
methodology. In that language, our approach may be described as performing an ANOVA analysis
of the likelihood ratio itself, studying how much of its variance is “due to” interactions among small
numbers of coordinates of our observations. The idea of projecting complicated functions to sub-
spaces of functions of low coordinate degree has also been systematically explored for applications in
physical sciences, especially in computational chemistry, under the name of high-dimensional model
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representation (HDMR). See [LRR01] for a general survey and [RA99] for a more mathematical
survey.

Channel calculus The effect of composing noisy channels has been much studied in information
theory, though the Fisher information is a less common quantity in that literature. Still, as for
other more common measurements of a channel’s “fidelity” like the mutual information, the Fisher
information is known to satisfy a data processing inequality (so that, e.g., censorship or quantization
cannot increase the Fisher information) and a chain rule [Zam98].

2 Notation

We write [N ] := {1, . . . , N}. The asymptotic notations o(·), O(·), ω(·),Ω(·),≍ have their usual
meanings in the limit N → ∞ or n → ∞ when the variable n is defined in context. We write
1k ∈ Rk for the vector all of whose entries equal 1 and Ik ∈ Rk×k for the k × k identity matrix.
For y an N -dimensional vector and T ⊆ [N ], we write yT for the restriction to the index set T .
We write N (µ, σ2) and N (µ,Σ) for the scalar and vector Gaussian measures with given mean
and variance (respectively, covariance matrix) parameters. We write δx for the Dirac probability
measure at x, and Ber(c) = (1 − c)δ0 + cδ1 for the Bernoulli measure. This notation for mixtures
will not be confused with c · X , which denotes the measure formed by sampling from X and then
multiplying by c. We adopt the slightly informal notation of denoting a channel P = (Px) by one of
the above notations where x is viewed as a “dummy” variable, so that, e.g., Adv≤D(X ,N (x, σ2)) =
Adv≤D(X ,P) where Px = N (x, σ2).

3 Main results

3.1 General theory

Our first main result computes the coordinate advantage in closed form and gives a “nonlinear
overlap” bound on it for any CLVM.7

Definition 3.1 (Good CLVM). We call a CLVM good if Σ contains an open interval around zero,
and, for all x ∈ Σ, Px is absolutely continuous with respect to P0 and dPx/dP0 ∈ L2(P0).

Definition 3.2 (Channel overlap). For each x(1), x(2) ∈ Σ in a good CLVM, define

RP(x
(1), x(2)) := E

y∼P0

[(
dPx(1)

dP0
(y)− 1

)(
dPx(2)

dP0
(y)− 1

)]
. (8)

The following examples are some simple cases of this function. Note that near the origin each
behaves, up to rescaling, like x(1)x(2), which is the key phenomenon we will exploit later.

Example 3.3. If Px = N (x, 1), then RP(x(1), x(2)) = exp(x(1)x(2))− 1.

Example 3.4. If Px = Ber(12 + x), then RP (x(1), x(2)) = 4x(1)x(2).

One should think of RP as a kind of “kernel” associated to a channel that contains all of the data
about the channel that will be relevant to us. In probabilistic terms, RP (x(1), x(2)) is the covariance
between the likelihood ratios of Px(1) and Px(2) with respect to P0, and thus is a measurement of

7This may be viewed as a generalization of the bound derived in Appendix B.1 of [BBK+21] of the Bernoulli
advantage by the Gaussian advantage.
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the similarity between Px(1) and Px(2) . The diagonal values give the χ2 divergence (Definition A.9)
between Px and P0, RP(x, x) = χ2(Px ‖P0).

Theorem 3.5 (Coordinate advantage). Suppose (X ,P) is a good CLVM. Then,

CAdv≤D(X ,P)2 = E
x(1),x(2)∼X

∑

T⊆[N ]
|T |≤D

∏

i∈T
RP(x

(1)
i , x

(2)
i ) (9)

≤ E
x(1),x(2)∼X

exp≤D

(
N∑

i=1

RP(x
(1)
i , x

(2)
i )

)
. (10)

We can actually treat a more general class of models than CLVMs as defined here, which we leave
to Theorem 4.4.

The resemblance to Proposition 1.5 is clear, with the two differences that x
(1)
i x

(2)
i is replaced

by the nonlinear RP(x
(1)
i , x

(2)
i ), and that the expression in (10) is only a bound on the coordinate

advantage rather than a formula for it. But, we will show that, in many cases, neither of these
differences is very consequential, and for many channels the coordinate advantage actually behaves
just like the polynomial advantage for a Gaussian channel.

We first address the matter of the nonlinear overlap. In fact, we show that the summation
in (10) in many cases may be replaced by an overlap formula of precisely the form that arose
for the polynomial advantage for additive Gaussian models in Proposition 1.5. The channel then
enters into the bound not through the potentially complicated nonlinear RP , but through the scalar
Fisher information, which describes RP near the origin (it is just the constant scaling x(1)x(2) in
the approximation alluded to for Examples 3.3 and 3.4). The reciprocal of the Fisher information
plays the role of an “effective σ2” in the formula for the additive Gaussian advantage. Let us give
a clearer name to the expression that will appear, to avoid confusion from mixing polynomial and
coordinate advantages:

Univ≤D(X , σ2) := E
x(1),x(2)

exp≤D

(
1

σ2
〈x(1),x(2)〉

)
= Adv≤D(X ,N (x, σ2))2. (11)

We also delineate the assumptions on the prior and channel that will play important roles. When
we refer to the constants A,Bk later, they will always refer to the constants in these assumptions.

Assumption 3.6 (Prior assumptions). We define conditions on a prior X , parametrized by con-
stants A,B2, B4, B6, B8, B10, B12 > 0:

P1. ‖x‖∞ ≤ A.

P2. For each k ∈ {2, 4, 6}, ‖x‖k ≤ BkN
1
k
− 1

4 .

P3. For each k ∈ {8, 10, 12}, ‖x‖k ≤ BkN
1
k
− 1

4 .

Assumption 3.7 (Channel assumptions). We define conditions on a channel P, parametrized by
a constant A > 0 (always the same as A in Assumption 3.6):

C1. RP(x(1), x(2)) is C4 in an open set containing [−A,A]2.

C2. ∂3RP

∂x(1)2∂x(2)
(0, 0) = 0.
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Definition 3.8 (Fisher information). For a channel P satisfying Assumption C1, its Fisher infor-
mation is

FP :=
∂2RP

∂x(1)∂x(2)
(0, 0). (12)

The Fisher information in statistics is usually viewed as a function of the signal x, FP(x), and
in this language what we work with is FP = FP (0) (see also Proposition 5.1). Its values for the
Gaussian and Bernoulli channels from Examples 3.3 and 3.4 are 1 and 4, respectively.

Theorem 3.9 (Loose channel universality). Let (X ,P) be a good CLVM. Suppose that P satisfies
Assumptions C1 and C2, and X satisfies Assumptions P1 and P2. Then, there is a constant C1 > 0
depending only on the channel P and the constants (A,B2, B4, B6) in the Assumptions such that,
for all D ≥ 0 even,

CAdv≤D(X ,P)2 ≤ C1 Univ≤D(X , 1/FP ). (13)

Suppose further that X satisfies Assumption P3. Then, there are also constants C2, C3 > 0 de-
pending only on the channel P and on the constants (A,B2, B4, B6, B8, B10, B12) such that, for all
D ≥ 0 even,

CAdv≤D(X ,P)2 ≥ C2 Univ≤D(X , 1/FP )− C3 Univ≤D−2(X , 1/FP ). (14)

To understand the result, first recall that, for studying hardness of detection, we are interested in
understanding boundedness or divergence of CAdv≤D over a sequence of CLVMs. The upper and
lower bounds in (13) and (14) will match up to constants for D = ω(1) so long as Univ≤D(X , 1/FP )
either is bounded (so that the upper and lower bounds are both constant) or grows at a suffi-
ciently fast exponential rate in D (so that the second term in (14) becomes negligible and we
find CAdv≤D(X ,P)2 ≍ Univ≤D(X , 1/FP )). Because of this “sufficiently fast” clause, this result
gives universality of detection thresholds only up to constant factors in an SNR parameter (see
Remark 1.3; roughly speaking, the actual exponential growth of Univ≤D(X , 1/FP ) is usually at a
rate proportional to how much greater the SNR is than the threshold for detection), which is why
we call the result “loose.” For a special class of priors X , we will later give a tight characteriza-
tion of the coordinate advantage up to constants, thus giving true universality of computational
thresholds; however, this more ad hoc bound is useful to treat arbitrary priors.

Let us parse the conditions of the Theorem and give some remarks on its applicability. As-
sumptions P1–P3 on the prior may be viewed as asking that the typical value of |xi| is at most
N−1/4, allowing for a small number of outliers. This is a natural scaling, occurring for instance in
low-rank spiked matrix models (see Corollary 3.22 and Section 6.1). In Example B.1 we give an
illustration that some assumption to this effect is necessary for universality to hold.

Remark 3.10 (Truncating priors). By a common trick, used for example in [PWBM18, BKW20],
it suffices, if we are assuming Conjecture 1.4 and reasoning about a sequence of problems (Xn,P)
over a fixed channel, to have the Assumptions P1–P3 hold with high probability as n → ∞. This
is because we may define an adjusted prior X̃n where we sample x̃ ∼ X̃n as x̃ = x1{E} for x ∼ X
and E the event that P1 and P2 hold. Then, if we prove that strong detection is hard for X̃n, we
automatically learn the same for Xn, since the two agree with high probability.

The conditions C1 and C2 on the channel are harder to parse, but let us demonstrate how mild
they are. The following two results show that nearly arbitrary additive noise channels and nearly
arbitrary channels where observations are made in an exponential family satisfy these conditions.
The result for additive noise is similar in spirit to results of [PWBM18], and the one for exponential
families to those of [Kun21a], though in both cases our results have more general consequences. We
give the proofs—straightforward verifications of the Assumptions—in Appendices C.1 and C.2.
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Proposition 3.11 (Additive noise channels). Suppose that P is a channel such that, for all x ∈ Σ,
Px is the law of x+z for z ∼ ρ with ρ a probability measure on R having a density p(y) with respect
to Lebesgue measure that satisfies:

1. p(y) > 0 for all y ∈ R.

2. p(y) is C4 on all of R.

3. p(y) = p(−y) for all y ∈ R.

Then, Assumptions C1 (for arbitrary choice of the constant A) and C2 are satisfied. The Fisher
information is given in terms of p by

FP =

∫ ∞

−∞

p′(y)2

p(y)
dy. (15)

Proposition 3.12 (Exponential family channels). Suppose that P0 has mean µ and variance
σ2 > 0, and, for all x ∈ Σ, Px belongs to the natural exponential family generated by P0 (see
Definition C.3) and has x = Ey∼Px [y] − µ. Suppose also that P0 has a cumulant generating func-
tion ψ(θ) := logEy∼P0 exp(θy) that satisfies:

1. ψ is C5 in an open set U containing zero.

2. ψ′(U) contains an open set U ′ ⊃ [−A+ µ,A+ µ].

Then, Assumptions C1 and C2 are satisfied, where A is the same as the constant in Assumption C1.
The Fisher information is

FP =
1

σ2
. (16)

Example 3.13. If Ey∼P0 exp(θy) < ∞ for all θ ∈ R, e.g. if P0 is subgaussian (with any variance
proxy), then ψ is automatically smooth on all of R and all three conditions are satisfied.

Remark 3.14 (Difference-of-means parametrization). The condition x = Ey∼Px [y] − µ says that
not only do the Px belong to an exponential family, but also that they are specifically parametrized
by the displacement of their means from that of P0. This is important to our calculations in
Section C.2 and to an “overlap formula” holding, and is not original; the idea that the “right”
overlap controlling exponential family channels is an overlap of z-scores (as we obtain if we move
the factor of FP = 1/σ2 inside of 〈x1,x2〉 in Theorem 3.9) appeared already in [Kun21a].

Remark 3.15 (Exponential families are hardest). In [PWBM18], it is noted that, among additive
noise models as in Proposition 3.11, for a given variance the Gaussian distribution uniquely min-
imizes the Fisher information: for Px = N (x, σ2), we have FP = 1/σ2, which per Corollary 5.8
is the smallest possible value. The authors conclude (for their particular spiked matrix problem)
that Gaussian is therefore the “hardest” distribution of additive noise. Our Proposition 3.12 shows
that, if we move beyond additive noise, all exponential family channels are “as hard as” the additive
Gaussian channel with the same variance. This perhaps clarifies the “Gaussian is hardest” phe-
nomenon: generally it is exponential family channels that are hardest; the key property of Gaussian
measure is that the Gaussian additive channel is the only additive noise channel whose measures
Px also form an exponential family.

In our final general result, we consider when the upper bound of Theorem 3.9 is tight up
to constants, in which case whether CAdv≤D(Xn,P) is bounded or divergent as n → ∞ is truly
universal with respect to the channel.
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Definition 3.16 (Prior dilution). Let X be a probability measure over ΣN as in the definition of
a CLVM, and let k ≥ 1. The k-dilution of X , denoted DkX , is the probability measure over ΣkN

where, to sample x̃ ∼ DkX , we sample x ∼ X and set x̃ = 1√
k
(x1, . . . , x1, . . . , xN , . . . , xN ), where

each entry is repeated k times (equivalently, x̃ = x⊗ 1√
k
1k).

Theorem 3.17 (Tight channel universality). Let (X ,P) be a good CLVM. Suppose that X satisfies
Assumptions P1 and P2, that P satisfies Assumptions C1 and C2, and that k ≥ D2. Then, there
are constants C1, C2 only depending on the channel P and on the constants (A,B2, B4, B6) such
that

C1Univ≤D(X , 1/FP ) ≤ CAdv≤D(DkX ,P)2 ≤ C2Univ≤D(X , 1/FP ). (17)

We note that dilution, in addition to giving this tight characterization of the coordinate advantage,
can also cause a prior to satisfy Assumptions P1–P3, since ‖x‖2 is unchanged by dilution, while
‖x‖2k for k ≥ 2 only decrease.

The idea of diluting priors for the analysis of low degree algorithms (though for a quite different
purpose of relating low degree algorithms to the statistical query model) appeared previously in
[BBH+20]. As discussed there, for the Gaussian channel, an algorithm may itself generate more
dilute samples from given less dilute ones.

Proposition 3.18 (Gaussian dilution invariance; Lemma 7.2 of [BBH+20]). There are randomized
polynomial-time algorithms computing f : R → Rk and g : Rk → R such that:

• If y ∼ N (µ, σ2), then f(y) ∼ N (µ1k/
√
k, σ2Ik).

• If y ∼ N (µ1k/
√
k, σ2Ik), then g(y) ∼ N (µ, σ2).

In this sense, Gaussian models are a “fixed point of dilution,” which may be seen as a justification
for why sufficiently dilute models behave like Gaussian ones. More specifically, as we sketch in
Section 5.2, in a diluted model, an algorithm may compute an approximately minimum variance
unbiased estimator of xi from the k samples from Pxi/

√
k and average them to obtain an observation

of xi that will, by the central limit theorem, be asymptotically Gaussian. A version of the Cramér-
Rao lower bound implies that the lowest variance achievable by such an estimate is precisely 1/FP .
If this holds, then the resulting averages will be (approximately) distributed as N (xi, 1/FP ), thus
reducing the dilute model with an arbitrary channel to a corresponding less dilute Gaussian model
of variance 1/FP .

Remark 3.19 (Channel universality of χ2 divergence). As an aside, we note that if we take
D = N in the coordinate advantage, we obtain the L2(Q) norm of the likelihood ratio, which is
1 + χ2(P ‖Q), where the latter is the χ2 divergence. Thus, at D = N , our results give channel
universality for the χ2 divergence, an interesting and new phenomenon in itself, much in the spirit
of the channel universality of the mutual information studied by [LKZ15a, KXZ16] for spiked matrix
models. The χ2 divergence underlies the second moment method for establishing statistical lower
bounds for hypothesis testing [MRZ15, BMV+18, PWBM18]. However, it is often augmented with
conditioning rather than merely computing and bounding the divergence itself; it is likely possible
to use our results in tandem with these techniques, but we leave this investigation to future work.
See also Appendix A.4 for more connections between our calculations and the χ2 divergence.

3.2 Applications

We now move to more concrete considerations, and give two applications of our framework to
identifying computationally hard regimes. In both applications, we will work with priors built from
the following kind of random vectors.
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Assumption 3.20 (Spike priors). Suppose that π is a bounded probability measure on R with
Ex∼π[x] = 0 and Ex∼π[x

2] = 1. We will consider x ∈ Rn random with xi ∼ π i.i.d.

We could somewhat relax the boundedness condition and obtain similar results by using the trun-
cation idea in Remark 3.10; see, e.g., the general notion of “tame priors” from [Kun21b].

Spiked matrix models The first application revisits the non-Gaussian spiked matrix models
studied by [LKZ15a, PWBM18]. Let P be an additive noise channel satisfying the assumptions
of Proposition 3.11, with underlying density p. Let λ > 0. For x as in Assumption 3.20, let Xn

denote the law of the upper triangle of λ√
n
xx⊤ (not including the diagonal). We view draws from

Xn and associated CLVMs as symmetric matrices whose diagonal is zero, by repeating every entry
from the upper triangle in the lower triangle.

The following result analyzes a natural algorithm for testing in such a model by thresholding
the largest eigenvalue of the observed matrix after an entrywise transformation. One of the main
insights of [LKZ15a, PWBM18] is that this transformation is necessary to obtain an algorithm that
performs optimally.

Proposition 3.21 (Pretransformed eigenvalue test; Theorem 4.8 of [PWBM18]). Suppose that
λ > 1/

√
FP , write f(y) := −p′(y)/p(y), and make the following additional assumptions on the

density p:

1. f and its first two derivatives are polynomially bounded, i.e., |f (ℓ)(y)| ≤ C + ym for some
C > 0 and even m ≥ 2 and each ℓ ∈ {0, 1, 2}.

2. p has finite moments up to order 5m:
∫∞
−∞ |x|k <∞ for 1 ≤ k ≤ 5m.

Write f(Y ) for the entrywise application of f to a matrix Y . Define the function

test(Y ) :=

{
q if n−1/2λmax(f(Y )) <

√
FP + 1

2λFP + 1
2λ ,

p if n−1/2λmax(f(Y )) ≥ √
FP + 1

2λFP + 1
2λ

(18)

Then, test runs in time poly(n) and achieves strong detection in the CLVM (Xn,P).

Our results imply the following complementary result.

Corollary 3.22 (LCDF analysis of spiked matrix model). The following hold:

1. If λ < 1/
√
FP , then for any D = D(n) = o(n/ log n), CAdv≤D(Xn,P) = O(1). Conse-

quently, if Conjecture 1.4 holds, then, for any δ > 0, there is no algorithm that runs in time
exp(O(n1−δ)) and achieves strong detection in the CLVM (Xn,P).

2. If λ > 1/
√
FP , then for any D = D(n) = ω(log n), CAdv≤D(Xn,P) = ω(1).

Thus, to improve on the pretransformed eigenvalue test requires nearly exponential time. The
proof of Claim 1 is very simple, combining our Theorem 3.9 with the previous results of [KWB22]
on additive Gaussian models. Claim 2 encodes a version of Proposition 3.21 by using the trace
of a large power of a matrix as a proxy for the spectral norm. We emphasize that, despite this
simplicity, Claim 1 above gives the first evidence of hardness for any large class of algorithms for
all but a few very special cases of the density p.

Remark 3.23 (Higher rank priors). The prior work [BBK+21] established limitations of LDP for
detecting matrices of constant rank k ≥ 2 as n→ ∞ observed through additive Gaussian noise. We
omit the details, but the proof of Corollary 3.22 mutatis mutandis also extends those limitations to
LCDF and establishes their channel universality, so long as λ is again scaled by

√
FP .
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One interesting example is the sparse Rademacher prior where, for some s ∈ (0, 1], x in the
prior has entries distributed as

π = (1− s)δ0 +
s

2
δ1/

√
s +

s

2
δ−1/

√
s. (19)

As predicted using non-rigorous statistical physics methods by [LKZ15b, LKZ15a] and proved by
[KXZ16], there is some s∗ ≈ 0.09 such that, once s < s∗, there is an exponential-time exhaustive
search algorithm achieving strong detection in the CLVM (Xn,P) for some values of λ < 1/

√
FP .8 In

this context, our Corollary 3.22 gives evidence that this problem has a statistical-to-computational
gap for any reasonable choice of additive noise. Again, this is the first evidence—in the form of
lower bounds against any large class of algorithms—for this statistical-to-computational gap for
most noise distributions.

Remark 3.24 (Stochastic block model). Considering the sparse Rademacher prior through the
Bernoulli channel Px = Ber(12+x), we obtain a model that is a dense version of the stochastic block
model (see [Abb17, Moo17] for general background): we seek to distinguish an Erdős-Rényi random
graph on n vertices with edge probability 1

2 from a graph with two random “planted communities,”

each of roughly s
2 · n vertices, such that vertices are connected with probability 1

2 + λ
sn within those

communities, probability 1
2 − λ

sn between them, and probability 1
2 otherwise. The same argument

as for the first claim of Corollary 3.22 shows that LCDF fail to achieve strong detection in this
model when λ < 1/

√
FP = 1/2, and the results of [KXZ16] imply a statistical-to-computational

gap for sufficiently small s. Similar results also follow for observations in other non-Bernoulli
discrete exponential families, such as Poisson, binomial, or geometric. We do not pursue it here,
but, following Remark 3.23, greater numbers of communities may also be treated by considering a
signal matrix of higher rank, as in [BBK+21].

Spiked tensor models The second application concerns the problem of tensor PCA, for which,
to the best of our knowledge, general non-Gaussian additive noise has not been considered before.
Let q ≥ 3. We will now allow λ = λ(n) > 0 to vary. For x as in Assumption 3.20, let Xn denote the
law of the entries of λn−q/4x⊗q indexed by tuples 1 ≤ i1 < · · · < iq ≤ N . (Again, one may view
draws from the prior and observations from the CLVM as being symmetric tensors with all entries
having repeated indices set to zero.)

The following result is a sharpening of prior work of [HKP+17, Hop18] that precisely charac-
terizes (in the low degree framework) the power of subexpoential time algorithms for tensor PCA.

Proposition 3.25 (Theorem 3.3 of [KWB22]; Theorem 5.2.6 of [Kun21b]). Let Px = N (x, 1).
Then, there are constants aq, bq > 0 such that:

1. If λ ≤ aqD
−(q−2)/4, then Adv≤D(Xn,P) = O(1).

2. If λ ≥ bqD
−(q−2)/4, D = ω(1), and D ≤ 2

qn, then Adv≤D(Xn,P) = ω(1).

As this result shows, unlike spiked matrix models, spiked tensor models have a smoother
statistical-to-computational “ramp” with a large parameter regime where subexponential time al-
gorithms exist, which manifests as a polynomial dependence on D in the thresholds for λ. Because

8This is not entirely explicit in those results, but, for discrete priors such as sparse Rademacher, one may view
their results as computing explicitly the typical value of the free energy, a particular function of the observation in a
spiked matrix model which essentially coincides with the likelihood ratio. Their results then imply that thresholding
the free energy achieves strong detection, which amounts to analyzing the statistically optimal hypothesis test per
the Neyman-Pearson lemma.
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of this, it is less meaningful here to pin down the constants aq and bq. Allowing this slack makes our
machinery even more useful, and we may with a very straightforward application of Theorem 3.9
obtain the following direct generalization to arbitrary additive noise models.

Corollary 3.26 (LCDF analysis of spiked tensor model). Let P be an additive noise channel
satisfying the assumptions of Proposition 3.11. Then, there are constants aq,P , bq,P > 0 such that:

1. If λ ≤ aq,PD−(q−2)/4, then CAdv≤D(Xn,P) = O(1).

2. If λ ≥ bq,PD−(q−2)/4, D = ω(1), and D ≤ 2
qn, then CAdv≤D(Xn,P) = ω(1).

Note that, unlike in the spiked matrix model where the pretransformed eigenvalue test had been
studied before, here we are able to make predictions about computational thresholds for problems
where explicit algorithms have not been studied at all (for general choices of the density p). Our
result suggests that there is some LCDF depending on the density p that achieves strong detection
(say, by thresholding as in Proposition 3.21) up to the value of λ we predict, but we may generate
our predictions without even writing this function down explicitly.

3.3 Channel calculus

Finally, we elaborate on our results on modifying noisy channels.

Definition 3.27 (Censorship). Let P be a channel with range Ω and η ∈ [0, 1]. We define the
η-censored version of P to be the channel CηP with range Ω⊔{•} for a new formal symbol •, where
to sample from the measure CηPx, we observe • with probability η, and a sample from Px with
probability 1− η.

Theorem 3.28 (Censored channels). Suppose P is a channel satisfying Assumptions C1 and C2.
Then, for any η ∈ [0, 1], CηP also satisfies Assumptions C1 and C2, and has Fisher information
FCηP = (1− η)FP .

The theorem is simple both to state and to prove, but is deceptively powerful. For example,
combined with Corollary 3.22, we deduce that strong detection in the spiked matrix model with
additive noise channel P censored at a constant rate η is hard for LCDF when λ < 1/

√
(1− η)FP

(for a censored spiked tensor model, Corollary 3.22 holds verbatim with constants aq,P,η and bq,P,η

adjusted to absorb the dependence on η).
Again, to the best of our knowledge these models have not been studied before, and our theory

can make predictions of computational thresholds even in the absence of “baseline” algorithms
to consider. In Section 6.3, we give some speculation as to a spectral algorithm we expect to
match the aforementioned threshold for detecting censored spiked matrices, and propose the related
Conjecture 6.4, a claim of a random matrix phase transition similar to those of [BBAP05, FP07].

Remark 3.29 (Censored stochastic block model). The previous work [SLKZ15] considered a cen-
sored version of the dense stochastic block model we mentioned in Remark 3.24. They consider the
dense Rademacher prior (s = 1) and a very high rate of censorship where η = 1 − α

n for some
constant α > 0, while the prior X is the law of λxx⊤ for λ constant, without a factor of 1√

n
. But,

one may check that the factors of α and n may be moved around the components of the model: for
the Bernoulli channel Px = Ber(12 + x), the coordinate advantage in their model is identical to that
of a model with the Rademacher prior as we defined it above (with the factor of 1√

n
) and with λ

multiplied by
√
α. Thus, we immediately recover that LCDF have the same computational threshold

as proved there, which in our notation is λ > 1
2
√
α
. (For comparison, [SLKZ15] use a parameter
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ε which is ε = 1
2 − λ, and write the threshold as α > 1

(1−2ε)2
.) This problem is known, by their

results together with [HLM12, LMX15], not to have a statistical-to-computational gap, but once
again our previous reasoning gives that if we took a sparser community structure with s < 1, then
for sufficiently small s a gap would appear. And, once again, our tools immediately give analogous
results for observations in other discrete exponential families.

Remark 3.30 (Effective signal-to-noise ratio). More generally, when a prior has an SNR λ that
appears linearly as above, for a given channel P censored at rate η, we may define the effective
SNR λeff :=

√
(1− η)FP · λ. The coordinate advantage of the model then behaves like that of an

additive Gaussian model with SNR λeff . It is an intriguing question what other aspects of a model
can easily be “factored in” to an effective SNR in such generality.

We now proceed to the second operation of quantization of a channel’s output. We note that
we consider a coarse notion of quantization into just one bit of information; it would also be
interesting to consider quantizations on a finer grid (though the width of this grid would have to
be O(N−1/4) to obtain substantially different behavior from just taking the sign for additive P and
priors satisfying Assumptions P1–P2).

Definition 3.31 (Quantization). Let P be a channel with range Ω ⊂ R so that each Px is absolutely
continuous with respect to Lebesgue measure. We define the quantized version of P to be the channel
sgn(P) with range {−1, 1} (the value zero may be mapped arbitrarily), where to sample from the
measure sgn(P)x we sample y ∼ Px and output sgn(y).

Theorem 3.32 (Quantized additive channels). Let P be an additive noise channel as in Proposi-
tion 3.11, with underlying density p(y). If p satisfies the conditions of the Proposition, then sgn(P)
satisfies Assumptions C1 and C2, and has Fisher information Fsgn(P) = 4p(0)2.

Again, the result follows by a simple calculation, but immediately pinpoints computational thresh-
olds of quantized spiked matrix and tensor models in a simple way depending on the density of
additive noise.

Example 3.33 (Quantized additive Gaussian noise). Taking Px = N (x, 1), we find Fsgn(P) =

4( 1√
2π
)2 = 2

π , which is indeed smaller than FP = 1. We find that, e.g., the computational threshold

for LCDF for a spiked matrix model with the channel sgn(N (x, 1)) is λ > 1/
√
Fsgn(P) =

√
π/2.

And, again, we do not know what algorithms would match this threshold, but we conjecture that
spectral algorithms should do so and make the corresponding Conjecture 6.5.

The expression 4p(0)2 is rather mysterious; it is not even obvious from it that quantizing
decreases the Fisher information, though it must by the aforementioned data processing inequality
of [Zam98]. Seeking to the maximize the quantized Fisher information for a given unquantized
Fisher information, we find the following surprising result. In words, it says that there are additive
noise models with smooth noise distributions so that quantization has an arbitrarily small effect
on computational thresholds for hypothesis testing!

Corollary 3.34. For every ε > 0, there exists a smooth and strictly positive probability density
pε such that, if P is the additive noise channel with this density, then (1 − ε)FP ≤ Fsgn(P) ≤
FP . Moreover, the pε may be chosen to converge pointwise to another positive (but not smooth)
probability density, pε(y) → p0(y) :=

1
2 exp(−|y|) as ε→ 0.

We give a partial account of this paradoxical result in Section 6.4.
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4 Latent variable models

As mentioned earlier, we will work at first over a more general model than the CLVMs of Defini-
tion 1.1. The following definition is more general in two important ways, and a third less material
one: first, it does not ask for the domain of X to be continuous; second, it does not require yi to
be independent of all xj for j 6= i; and third, it allows for the yi to have different laws for different
i under the null model Q and to be observed through different channels under the planted model
P. We hope this more abstract formulation will be useful for future work.

Definition 4.1 (Latent variable model). Let Σ,Ω be measurable spaces and N ≥ 1. Let X be a
probability measure over ΣN , Q1, . . . ,QN probability measures over Ω, and, for each x ∈ Σ and
i ∈ [N ], let Pi,x be a probability measure over Ω. A latent variable model (LVM) specified by these
objects (X ,Q,P) consists of the following pair of probability measures over ΩN :

1. Sample y ∼ Q by sampling yi ∼ Qi for each i ∈ [N ] independently (i.e., Q is the product
measure Q = Q1 ⊗ · · · ⊗ QN).

2. Sample y ∼ P by first sampling x ∼ X . Then, sample yi ∼ Pi,x for each i ∈ [N ] independently
(i.e., P is the mixture of product measures P1,x ⊗ · · · ⊗ PN,x over x ∼ X ).

Definition 4.2 (Good LVM). We call an LVM good if, for all x ∈ Σ and i ∈ [N ], Pi,x is absolutely
continuous with respect to Qi and dPi,x/dQi ∈ L2(Qi).

Remark 4.3 (Side information). We will not explore it further here, but one interesting setting that
may be described if we let the channels vary over different coordinates is side information, where we
either reveal some coordinates of x directly, or give in addition to y a vector correlated entrywise
with x. See [SN18] for an example in the context of the stochastic block model, or [DSMM18] for a
“contextual” version of the model, which amounts to including a less direct form of side information.

Over this broader class of models, we will prove the following result, which is a generalization
of Theorem 3.5.

Theorem 4.4 (Coordinate advantage for LVMs). Suppose (X ,Q,P) is a good LVM. Define the
vector channel overlap

RQ,P,i(x
(1),x(2)) := E

y∼Qi

[(
dPi,x(1)

dQi
(y)− 1

)(
dPi,x(2)

dQi
(y)− 1

)]
. (20)

Then,

CAdv(X ,Q,P)2 = E
x(1),x(2)∼X

∑

T⊆[N ]
|T |≤D

∏

i∈T
RQ,P,i(x

(1),x(2)) (21)

≤ E
x(1),x(2)∼X

exp≤D

(
N∑

i=1

RQ,P,i(x
(1),x(2))

)
. (22)

4.1 Coordinate decomposition of likelihood ratio

We will use the background results on coordinate or Efron-Stein decompositions developed in
Appendix A. Recall that the optimizer in the coordinate advantage is the LCDLR, the orthogonal
projection of the likelihood ratio to V≤D, so it suffices to understand this object. Lemma A.7
describes this projection (in a setting generalizing LVMs) in terms of the marginal likelihood ratios.
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We first introduce notation for the coordinate-wise likelihood ratios,

Li,x :=
dPi,x

dQ . (23)

Because y ∼ Q has independent coordinates and, conditional on x, y ∼ P also has independent
coordinates, the likelihood ratio in an LVM may be computed as

L(y) :=
dP

dQ
(y) = E

x∼X

dPx

dQ
(y) = E

x∼X

N∏

i=1

dPi,x

dQi
(yi) = E

x∼X

N∏

i=1

Li,x(yi). (24)

Following Appendix A, the marginal likelihood ratios are then

LT (y) := E
yi∼Qi:i∈[N ]\T

L(y) = E
x∼X

∏

i∈T
Li,x(yi) =

dPT

dQT
(y), (25)

where PT and QT are the measures arising from an LVM formed by restricting the given LVM to
the indices T .

Appendix A further describes a decomposition of V≤D into mutually orthogonal subspaces V̂T
over subsets T ⊆ [N ] with |T | ≤ D, and by Lemma A.7, the projection of L to V̂T is

L̂T (y) :=
∑

S⊆T

(−1)|T |−|S|LS = E
x∼X

∑

S⊆T

(−1)|T |−|S|∏

i∈S
Li,x(yi) = E

x∼X

∏

i∈T
(Li,x(yi)− 1). (26)

Indeed, by inclusion-exclusion it follows readily that L =
∑

T⊆[N ] L̂T , and we detail the orthogo-
nality of this decomposition in Appendix A.4. The LCDLR, the projection of L to V≤D, which we
will denote L≤D, is then

L≤D =
∑

T⊆[N ]
|T |≤D

L̂T =
∑

T⊆[N ]
|T |≤D

E
x∼X

∏

i∈T
(Li,x(yi)− 1). (27)

4.2 Coordinate advantage: Proof of Theorems 3.5 and 4.4

We will be ready to proceed to the main proof after one more preliminary step.

Lemma 4.5 (Non-negativity). For any ki ≥ 0 integers for i ∈ [N ], we have

E
x(1),x(2)∼X

N∏

i=1

RQ,P,i(x
(1),x(2))ki ≥ 0. (28)

Proof. We will just use that RQ,P,i is a product of inner products in Qi, which may be viewed as
a single inner product in Q = Q1 ⊗ · · · ⊗ QN , of the same function of x(1) and x(2). Explicitly, we
may manipulate

E
x(1),x(2)∼X

N∏

i=1

RQ,P,i(x
(1),x(2))ki

= E
x(1),x(2)∼X

N∏

i=1

(
E

yi∼Qi

(Li,x(1)(yi)− 1)(Li,x(2)(yi)− 1)

)ki
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and writing a power of an expectation as an expectation of a product of independent copies,

= E
x(1),x(2)∼X

E
y
(1)
i ,...,y

(ki)
i ∼Qi

for each i∈[N ]

N∏

i=1

ki∏

j=1

(Li,x(1)(y
(j)
i )− 1)(Li,x(2)(y

(j)
i )− 1)

= E
y
(1)
i ,...,y

(ki)
i ∼Qi

for each i∈[N ]


 E

x∼X

N∏

i=1

ki∏

j=1

(Li,x(1)(y
(j)
i )− 1)




2

≥ 0, (29)

completing the proof.

Proof of Theorem 4.4. Recall that the coordinate advantage is the norm in L2(Q) of the LCDLR,
which, by (27) and the orthogonality of the L̂T , is

CAdv≤D(X ,Q,P)2 = E
y∼Q

L≤D(y)
2 =

∑

T⊆[N ]
|T |≤D

E
y∼Q

L̂T (y)
2. (30)

Rewriting a squared expectation as an expectation of a product of two independent copies (as in
the approach to the polynomial advantage of [KWB22]),

E
y∼Q

L̂T (y)
2 = E

y∼Q
L̂T (y)

2

= E
y∼Q

(
E

x∼X

∏

i∈T

(
Li,x(yi)− 1

)
)2

= E
x(1),x(2)∼X

E
y∼Q

∏

i∈T

(
Li,x(1)(yi)− 1

)(
Li,x(2)(yi)− 1

)

= E
x(1),x(2)∼X

∏

i∈T
RQ,P,i(x

(1),x(2)), (31)

where x(1),x(2) ∼ X are independent draws. Summing over T we find the first form of our result,

CAdv≤D(X ,Q,P)2 = E
x(1),x(2)∼X

∑

T⊆[N ]
|T |≤D

∏

i∈T
RQ,P,i(x

(1),x(2))

and to obtain the bound we claim, note that the extra terms introduced when expanding the
following expression by the binomial theorem are all non-negative upon taking the expectation
over x(1),x(2) by Lemma 4.5:

≤ E
x(1),x(2)∼X

D∑

d=0

1

d!

(
N∑

i=1

RQ,P,i(x
(1),x(2))

)d

= E
x(1),x(2)∼X

exp≤D

(
N∑

i=1

RQ,P,i(x
(1),x(2))

)
, (32)

completing the proof.
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5 Channel universality

5.1 Loose universality: Proof of Theorem 3.9

We now work under the more specific CLVM setting (Definition 1.1). We define notation for the
likelihood ratios associated to the channel P and recall the definition of the channel overlap, which
may be rephrased in terms of these:

Lx :=
dPx

dP0
, (33)

RP (x
(1), x(2)) = E

y∼P0

[(
dPx(1)

dP0
(y)− 1

)(
dPx(2)

dP0
(y)− 1

)]

= E
y∼P0

[(Lx(1)(y)− 1) (Lx(2)(y)− 1)]

= E
y∼P0

[Lx(1)(y)Lx(2)(y)]− 1. (34)

Let us first clarify the connection between our definition of the Fisher information and the more
conventional one.

Proposition 5.1 (Fisher information). Let P be a channel so that, for each y ∈ Ω, Lx(y) is C1 in
x in a neighborhood of x = 0. Then,

FP =
∂2RP

∂x(1)∂x(2)
(0, 0) = E

y∼P0

(
∂

∂x
Lx(y)

∣∣∣∣
x=0

)2

. (35)

This follows just by differentiating under the expectation twice.
We may also compute some other partial derivatives of RP directly.

Proposition 5.2. Suppose that RP is C4 in a neighborhood of the origin. Then,

RP(0, 0) = 0, (36)

∂aRP
∂x(1)a

(0, 0) =
∂aRP
∂x(2)a

(0, 0) = 0 for all a ∈ {1, 2, 3, 4}. (37)

Proof. The first claim follows because L0 = dP0/dP0 = 1. The second claim follows because
RP(x, 0) = Ey∼P0Lx(y)− 1 = Ey∼Px1− 1 = 0 is a constant.

The following bound on the truncated exponential polynomials, which is elementary but not
trivial to show, will play an important role.

Proposition 5.3. Let D ≥ 2 be even. Then, for all x ∈ R, we have

0 < exp≤D(x) ≤ exp(|x|), (38)

and, for all x, y ∈ R, we have

exp≤D(x)

exp(100|y|) ≤ exp≤D(x+ y) ≤ exp≤D(x) exp(100|y|). (39)

We have not attempted to optimize the constant 100. We defer the proof to Appendix C.3. Intu-
itively, the latter inequality is a variation on the exponential identity exp(x + y) = exp(x) exp(y);
one may check that the direct analog exp≤D(x + y) ≤ exp≤D(x) exp≤D(y) unfortunately does not
hold in general.
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Proof of Theorem 3.9. The main idea is to approximate RP(x(1), x(2)) ≈ FPx(1)x(2). Thus, let us
define the remainder in this approximation:

∆(x(1), x(2)) := RP(x
(1), x(2))− FPx

(1)x(2). (40)

We first bound this remainder. By Assumption C1, RP is C4 in an open set U ⊃ [−A,A]2.
Thus, consider the partial derivatives of RP at the origin up to order 3. By Assumption C2 and
Proposition 5.2, the only non-zero one of these derivatives is the mixed second partial derivative,
whose value is FP by definition. So, by the multivariate Taylor theorem with the Lagrange form
of the remainder, for each (x(1), x(2)) ∈ [−A,A]2, there exist some z(1), z(2) ∈ [−A,A] such that

∆(x(1), x(2)) =
∑

k,ℓ≥1
k+ℓ=4

1

k! ℓ!

∂4RP
∂x(1)k∂x(2)ℓ

(z(1), z(2))x(1)
k

x(2)
ℓ

. (41)

Define the following, which is finite because RP is C4 on U :

K = K(P) := max
k,ℓ≥1
k+ℓ=4

max
z(1),z(2)∈[−A,A]2

∣∣∣∣
∂4RP

∂x(1)
k
∂x(2)

ℓ
(z(1), z(2))

∣∣∣∣ . (42)

We may bound

|∆(x(1), x(2))| ≤ K
∑

k,ℓ≥1
k+ℓ=4

|x(1)|k|x(2)|ℓ (43)

Now, we consider the sum of overlaps appearing in the upper bound of Theorem 3.5:

N∑

i=1

RP(x
(1)
i , x

(2)
i ) = FP 〈x(1),x(2)〉+

N∑

i=1

∆(x(1), x(2))

︸ ︷︷ ︸
:=∆(x(1),x(2))

. (44)

We may bound this summed error term by

|∆(x(1),x(2))| ≤
N∑

i=1

|∆(x
(1)
i , x

(2)
i )|

≤ K
∑

k,ℓ≥1
k+ℓ=4

N∑

i=1

|x(1)i |k|x(2)i |ℓ

and by the Cauchy-Schwarz inequality,

≤ K
∑

k,ℓ≥1
k+ℓ=4

‖x(1)‖k2k‖x(2)‖ℓ2ℓ

and by Assumption P2, when x(1),x(2) ∼ X , almost surely we have

≤ K
∑

k,ℓ≥1
k+ℓ=4

Bk
2kB

ℓ
2ℓN

1− k+ℓ
4

= K
∑

k,ℓ≥1
k+ℓ=4

Bk
2kB

ℓ
2ℓ

:= C (45)
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which is a constant C = C(P) depending only on P, B2, B4, B6. In summary, we have found that,
almost surely when x(1),x(2) ∼ X , we have

∣∣∣∣∣

N∑

i=1

RP(x
(1)
i , x

(2)
i )− FP〈x(1),x(2)〉

∣∣∣∣∣ ≤ C. (46)

Recall that we must prove both upper and lower bounds on the coordinate advantage. The
upper bound follows by plugging (46) into the upper bound of Theorem 3.5 and then applying
Proposition 5.3.

For the lower bound, we first make a general calculation giving a lower bound counterpart to
Theorem 3.5. For the sake of conciseness, in an expectation over x(1),x(2), let us write Ri :=

RP(x
(1)
i , x

(2)
i ). We have:

E
x(1),x(2)∼X

[
exp≤D

(
N∑

i=1

Ri

)
−
(

N∑

i=1

R2
i

)
exp≤D−2

(
N∑

i=1

Ri

)]

= 1 + E
x(1),x(2)∼X

N∑

i=1

Ri +

D∑

d=2

E
x(1),x(2)∼X


 1

d!

(
N∑

i=1

Ri

)d

− 1

(d− 2)!

(
N∑

i=1

R2
i

)(
N∑

i=1

Ri

)d−2



and here, expanding the powers inside, the coefficient of a given
∏N

i=1R
ki
i with some ki ≥ 2 will be

at most 1
k1!···kN ! − ki!

k1!···kN ! ≤ 0. Thus, together with Lemma 4.5, we find

≤ 1 + E
x(1),x(2)∼X

N∑

i=1

Ri +

D∑

d=2

E
x(1),x(2)∼X

∑

T⊆[N ]
|T |=d

∏

i∈T
Ri

= CAdv≤D(X ,P). (47)

by the formula of Theorem 3.5. By (46), we have almost surely when x(1),x(2) ∼ X that

N∑

i=1

R2
i =

N∑

i=1

RP (x
(1)
i , x

(2)
i )2

≤ 2F 2
P

N∑

i=1

x
(1)2

i x
(2)2

i +

N∑

i=1

∆(x
(1)
i , x

(2)
i )2

≤ 2F 2
P‖x(1)‖24‖x(2)‖24 + 3K2

∑

k,ℓ≥1
k+ℓ=4

N∑

i=1

|x(1)i |2k|x(2)i |2ℓ

≤ 2F 2
P‖x(1)‖24‖x(2)‖24 + 3K2

∑

k,ℓ≥1
k+ℓ=4

‖x(1)‖2k4k‖x(2)‖2ℓ4ℓ, (48)

and bounding these norms with the assumptions on X as above shows that this bounded by a con-
stant depending only on P. The proof of the lower bound is then completed by using Proposition 5.3
twice more.

Remark 5.4 (Variable channels). It is straightforward to extend the result to allow for different
channels Pi per coordinate, with different Fisher informations FPi

, so long as the fourth mixed
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partial derivatives of the associated channel overlaps RPi
are uniformly bounded on an open set

containing [−A,A], where A is as in Assumption P1 on X . In this case, FP 〈x(1),x(2)〉 would be

replaced by x(1)⊤Fx(2) for F the diagonal matrix of the FPi
. More generally, it seems plausible that

similar results should hold even if yi can depend on all of x rather than just xi, so that the channels
Pi,x depend on the entire vector x (as in a general LVM in the setting of Theorem 4.4). The overlap
expression would then involve the Fisher information matrix of the channel, part of the Hessian
matrix of the now multivariate analog of RP . We do not pursue this here as it would require more
complicated conditions on the prior X and would make our calculations more elaborate.

5.2 Tight universality: Proof of Theorem 3.17

The following is immediate from the definition of dilution.

Proposition 5.5 (Overlap invariance). For any X and any k ≥ 1, the law of 〈x(1),x(2)〉 is the
same for x(1),x(2) ∼ X independently as for x(1),x(2) ∼ DkX independently.

We will also use the following simple combinatorial fact, proved in Appendix C.4.

Proposition 5.6. Suppose t ≤ k/2. Then,
(k
t

)
≥ kt

t! exp(− t2

k ).

Proof of Theorem 3.17. Let us first sketch the proof ideas. The simple main idea is that dilution
makes the original upper bound on the coordinate advantage from Theorem 3.5 (not involving
universality) close to tight. This is a general property of the truncated exponential polynomials
exp≤D and does not rely on any special properties of the channel or prior. We then note that the
proof of Theorem 3.9 (showing loose channel universality) really proceeded by showing that this
bound behaves universally. Thus, if the bound is close to tight, then the coordinate advantage itself
also behaves universally.

At a technical level, Theorem 3.9 already proves the upper bound on the coordinate advantage
that we need, so it suffices to show a matching lower bound. Note that, under our assumption,
k ≥ D2 ≥ D. We have:

CAdv≤D(DkX ,Px) = E
x̃1,x̃2∼DkX

∑

T⊆[kN ]
|T |≤D

∏

i∈T
RP(x̃

1
i , x̃

2
i )

= E
x1,x2∼X

∑

t∈NN

|t|≤D

N∏

i=1

(
k

ti

)
RP

(
x1i√
k
,
x2i√
k

)ti

where |t| :=∑N
i=1 ti and we should also constrain |ti| ≤ k, but since k ≥ D this is vacuous. Using

Proposition 5.6 and that ti ≤ D while k ≥ D2,

≥ 1

e
E

x1,x2∼X

∑

t∈NN

|t|≤D

N∏

i=1

1

ti!

(
kRP

(
x1i√
k
,
x2i√
k

))ti

=
1

e
E

x1,x2∼X

D∑

d=0

1

d!

∑

t∈NN

|t|=d

(
d

t1 · · · tN

)(
kRP

(
x1i√
k
,
x2i√
k

))ti
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and by the multinomial theorem,

=
1

e
E

x1,x2∼X

D∑

d=0

1

d!

(
k

N∑

i=1

RP

(
x1i√
k
,
x2i√
k

))d

=
1

e
E

x1,x2∼X
exp≤D

(
k

N∑

i=1

RP

(
x1i√
k
,
x2i√
k

))

and the argument of Theorem 3.9, repeated mutatis mutandis, noting that powers of k cancel in
the Taylor expansion of RP , gives

≥ C E
x1,x2∼X

exp≤D
(
FP 〈x1

i ,x
2
i 〉
)

= C E
x̃1,x̃2∼DkX

exp≤D
(
FP 〈x̃1

i , x̃
2
i 〉
)

(49)

for C a constant depending only on the channel and the bounds on the prior, completing the
proof.

Finally, let us elaborate on the Introduction and give some heuristic discussion of why dilute
models might behave like Gaussian ones. Recall that the Cramér-Rao inequality gives a limitation
on the variance of estimators of x from y in CLVMs (see, e.g., Chapter 5 of [Pit79]).

Proposition 5.7 (Cramér-Rao inequality). In a CLVM, let f : Ω → Σ be a measurable function
such that µf (x) := Ey∼Pxf(y) is C1. Then, Vary∼P0 f(y) ≥ µ′f (0)

2/FP .

Usually one defines an entire Fisher information function FP (x) analogously to our definition, from
which one obtains similar lower bounds on the variance of any estimator under any Px. We also
mention the following ancillary result, to clarify the discussion in Remark 3.15.

Corollary 5.8. Suppose that the variance of P0 is σ2, and the Px are parametrized such that the
mean of Px is x. Then, FP ≥ 1/σ2.

Proof. In Proposition 5.7, take f(y) = y, which has µf (x) = x by the assumption.

We may produce a function that, at least locally near x = 0, is an unbiased estimator and
saturates the inequality. In a CLVM, consider the function

f(y) =
1

FP

∂

∂x
Lx(y)

∣∣∣∣
x=0

, (50)

sometimes called the Fisher score. Like with the Fisher information, though, the Fisher score can
be evaluated at arbitrary x while we are interested only in evaluating it at x = 0, so we call f(y)
the local Fisher score instead. For example, the nonlinearity used in the pretransformed eigenvalue
test of Proposition 3.21 is the special case of the local Fisher score for additive noise models. The
following is one conceptual justification for using the local Fisher score.

Remark 5.9 (Approximate maximum likelihood). One interpretation of the local Fisher score is as
an approximation of the maximum likelihood estimator of x. Indeed, consider the log-likelihood ratio
ℓx(y) := logLx(y). One may check, under mild regularity conditions, that an alternative formula

for the Fisher information is FP = − ∂2

∂x2 ℓx(y)|x=0, and so f(y) = − ∂
∂xℓx(y)|x=0 /

∂2

∂x2 ℓx(y)|x=0.
This means that f(y) gives the result of taking one step of Newton’s method for maximizing the
log-likelihood in x, starting from x = 0.

24



The local Fisher score is “locally unbiased” near x = 0, in the sense that

E
y∼P0

f(y) =
1

FP

∂RP
∂x(1)

(0, 0) = 0, (51)

∂

∂x
E

y∼Px

f(y)

∣∣∣∣
x=0

=
1

FP

∂2RP
∂x(1)∂x(2)

(0, 0) =
1

FP
· FP = 1, (52)

so Ey∼Px f(y) ≈ x to leading order for small x. And, we have

Vary∼P0 f(y)
2 = E

y∼P0

f(y)2 =
1

F 2
P

E
y∼P0

(
∂

∂x
Lx(y)

∣∣∣∣
x=0

)2

=
1

F 2
P
· FP =

1

FP
, (53)

so f(y) saturates the Cramér-Rao inequality and may be viewed as a “minimum variance locally
unbiased estimator” (paralleling the more common notion of minimum variance unbiased estimator,
which asks for exact unbiasedness over all x).

For small x, by continuity, we expect the variance of the local Fisher score over Px to still
be Vary∼Px f(y)

2 = 1/FP + O(x). Turning to the application to diluted models, suppose we have
access to y1, . . . , yk ∼ Px/

√
k that are i.i.d. By the above observations, the random variable

1√
k

k∑

i=1

f(yi) = x+
1√
k

k∑

i=1

(
f(yi)−

x√
k

)
(54)

will, for large k, have law close to N (x, 1/FP ) by the central limit theorem. (As in Remark 5.9,
this estimator is approximating the maximum likelihood estimate of x from the samples yi, and
this limit is comparable to the asymptotic normality of the maximum likelihood estimator.) In this
way, it is always possible to reduce dilute observations through an arbitrary channel to less dilute
observations through an (approximately) additive Gaussian channel. By the Cramér-Rao inequality,
the variance 1/FP is optimal, in the sense that there is no transformation f that through the same
operations yields approximately Gaussian observations with mean x and with smaller variance (as
also verified by hand in a special case using the calculus of variations by [PWBM18]).

6 Applications

6.1 Spiked matrix models: Proof of Corollary 3.22

We will use the following result coming from the analysis of a Gaussian spiked matrix model.

Proposition 6.1 (Theorem 3.9 of [KWB22]). Under the assumptions of Corollary 3.22, for any
D = D(n) = o(n/ log n),

E
x(1),x(2)∼π⊗n

exp≤D

(
λ2

2n
〈x(1)x(1)⊤ ,x(2)x(2)⊤〉

)
= O(1). (55)

This appears as a bound on the polynomial advantage through an additive Gaussian channel where
the variance of the diagonal noise is exactly twice the variance of the off-diagonal noise, so that the
symmetric noise matrix is drawn from the Gaussian orthogonal ensemble.

Proof of Corollary 3.22. The upper bound on the coordinate advantage follows from our Theo-
rem 3.9 and Proposition 6.1, as follows. Note that under our assumptions, Xn satisfies Assump-
tions P1 and P2 of Theorem 3.9 and P (the additive noise channel for a noise density p) satisfies
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Assumptions C1 and C2 by Proposition 3.11. Let K be a number such that x ∼ π has |x| ≤ K
almost surely. Let us write X(1),X(2) ∼ Xn for two independent draws from the prior described in
the statement, so that X(i) contains the upper triangle of λ√

n
x(i)x(i)⊤ for x(i) having i.i.d. entries

drawn from π. We assume without loss of generality that D is even. Then, Theorem 3.9 gives, for
a constant C depending only on the channel and the bounds on the prior,

CAdv≤D(Xn,P) ≤ C E
X(1),X(2)∼Xn

exp≤D

(
1

FP
〈X(1),X(2)〉

)

= C E
x(1),x(2)∼π⊗n

exp≤D

(
λ2

2nFP

(
〈x(1)x(1)⊤ ,x(2)x(2)⊤〉 −

n∑

i=1

|x(1)i |2|x(2)i |2
))

≤ C E
x(1),x(2)∼π⊗n

exp≤D

(
λ2

2nFP
〈x(1)x(1)⊤ ,x(2)x(2)⊤〉+ λ2

2FP
K4

)
(56)

and using Proposition 5.3 together with Proposition 6.1 shows that this is O(1) so long as λ <
1/
√
FP , as claimed.
For the lower bound on the coordinate advantage when λ > 1/

√
FP , we note that we cannot

use the lower bound from Theorem 3.9, which would give a threshold for λ off by a constant factor.
We could appeal to Theorem 3.17, but this would require dilution of the prior. Instead, we make
a more hands-on argument, producing an explicit function of low coordinate degree that witnesses
that the coordinate advantage is large. Namely, let f(y) := −p′(y)/p(y) be the local Fisher score
as in Proposition 3.21, and define for a symmetric matrix Y

g(Y ) := Tr

((
1√
n
f(Y )

)D
)
, (57)

where f(Y ) is applied entrywise. By expanding the trace, we see that this has cdeg(g) ≤ D. We
have assumed D = ω(log n), but let us also assume that D < n; this is without loss of generality,
since the coordinate advantage is increasing in D.

We now control the first moment of this under P and the second moment under Q. We have,
by Theorem 4.8 of [PWBM18],

E
Y ∼P

g(Y ) ≥ E
Y ∼P

λmax

(
1√
n
f(Y )

)D

≥ (1− o(1))

(
λFP +

1

λ

)D

≥ (1− o(1))
(
2
√
FP + ε

)D
, (58)

for some ε > 0 depending on λ. And, we have

E
Y ∼Q

g(Y )2 = E
Y ∼Q

(
Tr

((
1√
n
f(Y )

)D
))2

≤ n E
Y ∼Q

Tr

((
1√
n
f(Y )

)2D
)

and here, noting that f(Y ) is a Wigner matrix with bounded i.i.d. entries that are centered and
have variance FP , standard combinatorial analysis of Wigner matrices following [FK81] (see, e.g.,
Section 2.1.6 of [AGZ10]) gives, for D < n,

≤ 2n2(2
√
FP )

2D. (59)
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Thus, the coordinate advantage is by definition bounded below as

CAdv≤D(Xn,P) ≥ EY ∼P g(Y )√
EY ∼Q g(Y )2

≥ (1− o(1))

2n2

(
1 +

ε

2
√
FP

)D

, (60)

and the result follows since D = ω(log n), so this diverges as D → ∞.

Remark 6.2. By similar arguments one may allow for the diagonal of x(i)x(i)⊤ to be included in
X(i), or, using the more general bound outlined in Remark 5.4, for the diagonal to be included with
additive noise having twice the variance, so that the noise matrix is a Wigner matrix with the usual
scaling, or for that matter for the diagonal to be included with any other bounded noise distribution.

6.2 Spiked tensor models: Proof of Corollary 3.26

We will need the following slight elaboration on the second claim of Proposition 3.25, which is
obtained from examining the proofs of [KWB22, Kun21b]. We give more details in Appendix C.5.

Proposition 6.3. Let Px = N (x, 1), let X be as in Proposition 3.25, and let K > 0. Then, there
exists bq > 0 depending on K such that, if λ ≥ bqD

−(q−2)/4 and D is even with 2 ≤ D ≤ 2
qn, then

Adv≤D(Xn,P)

Adv≤D−2(Xn,P)
≥ K. (61)

Proof of Corollary 3.26. The first claim follows immediately by using the upper bound of Theo-
rem 3.9 on the coordinate advantage and applying the first claim of Proposition 3.25:

CAdv≤D(X ,P)2 ≤ C1 Adv≤D(X ,N (0, 1/FP ))
2, (62)

where if aq is the constant from the Proposition, then taking aq,P := aq/
√
FP absorbs the extra

factor of FP from the right-hand side.
For the second claim, we use the lower bound of Theorem 3.9 and Proposition 6.3: taking bq,P

sufficiently large, by the Proposition we will have for all even D ≤ 2
qn that

CAdv≤D(X ,P)2 ≥ C2 Adv≤D(X ,N (0, 1/FP ))
2 − C3 Adv≤D−2(X ,N (0, 1/FP ))

2

≥ C2

2
Adv≤D(X ,N (0, 1/FP ))

2

≥ C2

2
KD. (63)

We may then remove the constraint that D is even by observing that the coordinate advantage is
monotonically increasing in D.

6.3 Censorship: Proof of Theorem 3.28

The proof will follow by a simple calculation.

Proof of Theorem 3.28. First, the channel likelihood ratio after censorship is given by:

L
Cη
x (y) :=

dCηPx

dCηP0
(y) =

{
1 if y = •,
Lx(y) otherwise.

(64)

We note that this does not depend on η. And, the channel overlap is:

RCηP(x
(1), x(2)) = E

y∼CηP0

(L
Cη
x(1)(y)− 1)(L

Cη
x(2)(y)− 1) = (1− η)RP (x

(1), x(2)). (65)

Clearly this scaling does not affect Assumptions C1 and C2, and the Theorem is proved.
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We described in the Introduction the application of this result to spiked matrix models. This
gives a computational lower bound, but it is not obvious what a concrete matching polynomial
time algorithm would be.

There is, however, a natural guess, extending the strategy of [PWBM18] to non-additive noise
and as predicted by [LKZ15a]. Namely, per our discussion in Section 5.2, intuitively we should
expect the entrywise local Fisher score function f(y) = ∂

∂xLx(y)|x=0 to roughly map general noise
models to additive Gaussian models. Computing this for the censored likelihood ratio appearing
above, we find that f(•) = 0 while f(y) for y 6= • is the same as the local Fisher score in the
uncensored model. We thus arrive at a natural strategy for working with censored data in CLVMs:
set the censored entries to zero and proceed as though given an observation from an uncensored
model. For spiked matrix models, we reach the following conjecture in random matrix theory,
which is simple to verify numerically but seems non-trivial to attack using standard techniques as
in, e.g., [FP07, CDMF09], since the additive structure of the model has been corrupted.

Conjecture 6.4. Let x be random as in Assumption 3.20, p(y) a density as in Proposition 3.11, P
the corresponding additive noise channel, η ∈ (0, 1), and define f(y) := −p′(y)/p(y). Write f(Y )
for the entrywise application of f to a matrix Y . Let Y (0) := λ√

n
xx⊤+W forWij =Wji ∼ P0 i.i.d.

(i.e., drawn with density p), and Wii = 0. Let Y be formed by replacing every entry in the upper
triangle of Y (0) with zero independently with probability η, and repeating the same replacements
symmetrically in the lower triangle. We conjecture that there exists some γ ∈ R depending only on
p and η such that:

1. If λ < 1/
√

(1− η)FP , then 1√
n
λmax(f(Y )) → γ in probability.

2. If λ > 1/
√

(1− η)FP , then there is ε = ε(λ) > 0 such that 1√
n
λmax(f(Y )) → γ + ε in

probability.

6.4 Quantization: Proof of Theorem 3.32

We may prove our main result on quantization immediately.

Proof of Theorem 3.32. The result again follows by straightforward calculations. The channel like-
lihood ratio Lsgn

x := d sgn(P)x/d sgn(P)0 takes values

Lsgn
x (1) =

Px[sgn(y) = 1]

P0[sgn(y) = 1]
= 2

∫ ∞

−x
p(y) dy, (66)

Lsgn
x (−1) =

Px[sgn(y) = −1]

P0[sgn(y) = −1]
= 2

∫ −x

−∞
p(y) dy, (67)

where the latter formulas follow since we assume that p is symmetric, so that sgn(P)0 = Unif({±1})
and both denominators are 1

2 . The channel overlap is then:

RP(x
(1), x(2)) = E

y∼sgn(P)0
(Lsgn

x(1)(y)− 1)(Lsgn

x(2)(y)− 1)

= 2

(∫ ∞

−x(1)
p(y) dy

)(∫ ∞

−x(2)
p(y) dy

)
+ 2

(∫ −x(1)

−∞
p(y) dy

)(∫ −x(2)

−∞
p(y) dy

)
(68)

The Fisher information is then readily computed by differentiating with Leibniz’s rule:

FP = 4p(0)2, (69)

concluding the proof.

28



As with censorship, it is plausible that a spectral algorithm is optimal for quantized additive
noise models. This leads to another interesting random matrix theory conjecture, which is again
readily verified numerically but seems outside of the reach of standard proof techniques.

Conjecture 6.5. Let x be random as in Assumption 3.20, p(y) a density as in Proposition 3.11,
and P the corresponding additive noise channel. Let Y (0) := λ√

n
xx⊤ + W for Wij = Wji ∼ P0

i.i.d. (i.e., drawn with density p), and Wii = 0. Let Y have entries Yij := sgn(Y
(0)
ij ). We conjecture

that there exists some γ ∈ R depending only on p such that:

1. If λ < 1/(2p(0)), then 1√
n
λmax(Y ) → γ in probability.

2. If λ > 1/(2p(0)), then there is ε = ε(λ) > 0 such that 1√
n
λmax(Y ) → γ + ε in probability.

Similar models are treated by the recent work [GKK+23], but those results would only apply if the
function sgn(y) in our setting were replaced by a smoother one.

We mention the computations with the calculus of variations that lead to the special densities
presented in Corollary 3.34 as well; we do not give a formal proof, which follows by straightforward
calculus. Instead of maximizing the quantized Fisher information, let us fix it (in other words,
fix p(0)), and minimize the unquantized Fisher information subject to this constraint. Suppose

then that p(x) is a probability density that minimizes the Fisher information F [p] =
∫∞
−∞

p′(y)2

p(y) dy

viewed as a functional of p, subject to a fixed value of p(0) = c. Then, it must be that the first
variation of F [p] is zero, i.e., for any smooth, compactly supported, symmetric δ(y) with δ(0) = 0,∫∞
−∞ δ(y)dy = 0, and |δ(y)| < ε for sufficiently small ε (so that adding δ to p does not change p(0)
and leaves p a probability density), we must have that F [p+ δ] = F [p] to leading order. Expanding
this, we have

F [p+ δ] = 2

∫ ∞

0

(p′(y) + δ′(y))2

p(y) + δ(y)
dy

≈ 2

∫ ∞

0
(p′(y)2 + 2p′(y)δ′(y))

(
1

p(y)
+

δ(y)

p(y)2

)
dy

≈ F [p] + 2

∫ ∞

0

((
p′(y)
p(y)

)2

δ(y)− 2
p′(y)
p(y)

δ′(y)

)
dy. (70)

The only way this can hold for all δ satisfying our conditions is if p′(y)/p(y) is constant, which
means that p(y) = c exp(−2c|y|), a Laplace or two-sided exponential distribution. The densities
featuring in Corollary 3.34 may be obtained by, say, convolving this density with a Gaussian of
variance ε to obtain a sequence of smooth approximations.

Lastly, having performed this derivation, let us retrospectively give some intuition as to why this
noise density might be especially resilient to quantization. Recall from the discussion in Section 5.2
that in such a non-Gaussian additive model, it is sensible to apply the entrywise transformation of
the local Fisher score

f(y) =
1

FP

∂

∂x
Lx(y)

∣∣∣∣
x=0

= − 1

FP

p′(y)
p(y)

(71)

which approximates a minimum variance unbiased estimator of x from y. But, if we apply this to
p(y) = c exp(−2c|y|), then we get (up to constants) precisely the function sgn(y) (and if we consider
a smooth approximation of such p(y), we will have a smooth approximation of the sign function).
Thus taking the sign of the observations is a transformation we would want to perform anyway on
data with this noise distribution, and quantization is relatively benign.
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low-rank matrix estimation: Universality with respect to the output channel. In 53rd
Annual Allerton Conference on Communication, Control, and Computing (Allerton
2015), pages 680–687. IEEE, 2015.

[LKZ15b] Thibault Lesieur, Florent Krzakala, and Lenka Zdeborová. Phase transitions in
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A General tools for coordinate decomposition

A.1 Structure of coordinate subspaces

We first present a useful decomposition of the VT and V≤D into orthogonal subspaces and descrip-
tions of orthogonal projection operators onto these subspaces. We do not need the structure of
an LVM, and just work with Q = Q1 ⊗ · · · ⊗ QN an arbitrary product measure for Qi probability
measures over a measurable space Ω (it is trivial but notationally cumbersome to allow Ω to depend
on i). The definitions below are an instance of the Efron-Stein decomposition, as presented in, e.g.,
Section 8.3 of [O’D14].

Definition A.1 (Averaging operator). For each T ∈ [N ], we write AvgT : L2(Q) → V[N ]\T for the
operator that maps

(AvgT f)(y) := E
yT

[f(y)] = E[f(y) | y[N ]\T ]. (72)

We write Avgi := Avg{i}.

Concretely, the averaging operator for a single coordinate Avgi simply “integrates out” the ith
coordinate:

(Avgif)(y) =

∫
f(y1, . . . , yi−1, ỹ, yi+1, . . . , yN ) dQi(ỹ). (73)

Proposition A.2. The VT and AvgT satisfy the following properties:

1. VS ∩ VT = VS∩T .

2. The Avgi commute (i.e., AvgiAvgjf = AvgjAvgif for all f ∈ L2(Q)).
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3. AvgT =
∏

i∈T Avgi.

4. The orthogonal projection operator to VT is Avg[N ]\T .

5. The subspaces VT meet orthogonally; that is, for any distinct S, T ⊆ [N ], (VS ∩ VT )⊥ ∩ VS is
orthogonal to (VS ∩ VT )⊥ ∩ VT .

Proof. Claims 1 and 3 are immediate by definition, and Claim 2 by Fubini’s theorem. Claim 4 is
a well-known property of conditional expectation (see, e.g., Exercise 4.8 of [Var01]), but may be
verified concretely as follows. First, clearly from the definition, Avg[N ]\T is idempotent, has VT as
its image, and acts as the identity on VT . So, Avg[N ]\T is a projection to VT , and it only suffices to

verify that it is orthogonal. To do this, we suppose f ∈ L2(Q) and g ∈ VT , and compute

E
y∼Q

(f(y)− Avg[N ]\T f(y))g(y) = E
y∼Q

f(y)g(y) − E
y∼Q

Avg[N ]\T f(y)g(y)

= E
y∼Q

f(y)g(y) − E
y∼Q

E[f(y) | yT ] g(y)

= E
y∼Q

f(y)g(y) − E
y∼Q

E[f(y)g(y) | yT ]

= 0, (74)

where we have used that g(y) depends only on yT and the tower property of conditional expectation.
For Claim 5, note by Claim 1 that (VS ∩ VT )⊥ ∩ VS = V ⊥

S∩T ∩ VS , and by Claim 4 the orthogonal
projection to V ⊥

S∩T is Id−Avg[N ]\(S∩T ) and the orthogonal projection to VS is Avg[N ]\S. In particular,

these projections commute, so the orthogonal projection to (VS ∩ VT )
⊥ ∩ VS is their product,

Avg[N ]\S(Id−Avg[N ]\(S∩T )) = Avg[N ]\S−Avg[N ]\(S∩T ). Similarly, the orthogonal projection to (VS∩
VT )

⊥∩VT is Avg[N ]\S−Avg[N ]\(S∩T ). Finally, it suffices to check that the product of these projections
is zero:

(Avg[N ]\S − Avg[N ]\(S∩T ))(Avg[N ]\T − Avg[N ]\(S∩T )) = 0, (75)

since each of the four terms upon expanding is Avg[N ]\(S∩T ), occurring twice positively and twice
negatively.

We now define a subtler family of subspaces, which aim to capture the “new” functions depend-
ing only on yT that VT contains, beyond those that are linear combinations of ones depending on
smaller coordinate subsets.

Definition A.3. For each T ⊆ [N ], V̂T := VT ∩ (
∑

S(T VS)
⊥.

We establish the following important properties of these subspaces.

Proposition A.4. The V̂T satisfy the following properties:

1. The subspaces V̂T are mutually orthogonal; that is, for any distinct S, T ⊆ [N ] and f ∈ V̂S
and g ∈ V̂T , we have Ey∼Qf(y)g(y) = 0.

2. VT =
⊕

S⊆T V̂S; in particular, L2(Q) = V[N ] =
⊕

T⊆[N ] V̂T .

3. The orthogonal projection operator to V̂T is

∏

i∈T
(Id−Avgi)

∏

i∈[N ]\T
Avgi =

∑

S⊆T

(−1)|T |−|S|Avg[N ]\S (76)
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Proof. For Claim 1, note that V̂S ⊆ V ⊥
S∩T ∩ VS and V̂T ⊆ V ⊥

S∩T ∩ VT . The result then follows by
Claims 1 and 5 of Proposition A.2.

For Claim 2, we may proceed by induction on |T |. The result holds for T = ∅, in which case
VT = V̂T is the span of the constant function. Now, suppose the result holds for all |T | ≤ k−1, and
we have |T | = k. For any T ′ ( T , we have by the inductive hypothesis

⊕
S⊆T V̂S ⊇⊕S⊆T ′ V̂S = VT ′ .

In particular,
⊕

S⊆T V̂S ⊇ ∑
S(T VS . On the other hand, we also have

⊕
S⊆T V̂S ⊇ V̂T = VT ∩

(
∑

S(T VS)
⊥. Thus,

⊕
S⊆T V̂S ⊇ ∑

S(T VS + VT ∩ (
∑

S(T VS)
⊥ ⊇ VT . The opposite inclusion is

immediate, completing the induction.
For Claim 3, note that, by Claim 2, writing P̂T for the orthogonal projection to V̂T , we have∑

S⊆T P̂S = Avg[N ]\T . The result, in the form of the right-hand side of (76), then follows by the
Möbius inversion formula.

It may be instructive to identify the manifestations of these somewhat abstract objects in
Boolean function theory.

Example A.5 (Boolean Fourier analysis). Consider the case Ω = {±1} and Q = Unif({±1}N ).
Then, L2(Q) is simply the set of all functions f : {±1}N → R. As is well-known, every such
function may be written as a polynomial of multilinear monomials,

f(y) =
∑

T⊆[N ]

f̂(T )yT , (77)

also known as the Boolean Fourier expansion of f , where yT =
∏

i∈T yi. The monomials yT form
an orthonormal basis for L2(Q).

In this representation, VT is the span of all yS for S ⊆ T . As a consequence, the degree of f (as
a polynomial in the Fourier representation) equals the coordinate degree of f . The operator Avgi
acts on f by removing all monomials including yi from this representation,

(Avgif)(y) =
∑

T⊆[N ]\{i}
f̂(T )yT , (78)

so indeed
∏

i∈[N ]\T Avgi is the orthogonal projection to VT . The commutativity of these Avgi is also
clear.

V̂T consists of the functions whose monomials only have indices lying in T (i.e., belonging to
VT ) but also having no monomials whose indices are contained in any proper subset of T (i.e.,
orthogonal to

∑
S(T VS). Therefore, V̂T is merely the span of the single monomial function yT .

We may equate this with the projection formula (76) by noting that Id−Avgi acts by removing all
monomials not including yi from the Fourier representation, and thus the only monomial that the
projection does not remove is yT .

Similar results equating coordinate with polynomial degree and Efron-Stein decomposition with
Boolean Fourier decomposition hold also for a domain ΩN with Ω a finite set, where polynomials
may be made sense of through a “one-hot” encoding of x ∈ ΩN .

We thus see that the orthogonal decomposition L2(Q) =
⊕

T⊆[N ] V̂T may be viewed as a gener-

alization of Boolean Fourier analysis to arbitrary multivariate L2 spaces coming from a product
measure.

Finally, this machinery gives us a simple way to project arbitrary functions to V≤D. The
condensed formula below will not prove very useful to us—we will prefer to view the projection to
V≤D as a sum of projections to the orthogonal components V̂T—but we emphasize that it gives a
fully explicit description of this projection as a linear combination of averaging operators.
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Lemma A.6. The orthogonal projection operator to V≤D is

P≤D =
∑

T⊆[N ]
|T |≤D

(−1)D−|T |
(
N − |T | − 1

D − |T |

)
Avg[N ]\T . (79)

Proof. We use that, per Proposition A.4, V≤D is the direct sum of orthogonal components V̂T for
|T | ≤ D. Thus, P≤D is the sum of the corresponding projections:

P≤D =
∑

T⊆[N ]
|T |≤D

P̂T

=
∑

T⊆[N ]
|T |≤D

Avg[N ]\T
∑

S⊆T

(−1)|S|AvgS

=
∑

T⊆[N ]
|T |≤D

∑

S⊆T

(−1)|S|Avg[N ]\(T\S)

where, introducing R := T \ S,

=
∑

R⊆[N ]
|R|≤D




∑

R⊆T⊆[N ]
|T |≤D

(−1)|T |−|R|


Avg[N ]\R

=
∑

R⊆[N ]
|R|≤D




D∑

t=|R|
(−1)t−|R|

(
N − |R|
t− |R|

)
Avg[N ]\R, (80)

and the final formula follows from a combinatorial calculation.

A.2 Alternative derivation with concrete bases

The above framework may also be established more concretely using the bases of orthogonal poly-
nomials usually used in the analysis of LDP. More generally, for each i ∈ [N ], let {fi,j}j≥0 be a
countable basis of (univariate) orthonormal functions in L2(Qi), with fi,0 = 1. These then form a

countable orthonormal product basis {fj}j∈NN of L2(Q) defined by fj(y) =
∏N

i=1 fi,ji(yi).

Then, VT is the span of those fj with ji = 0 for all i /∈ T . And, V̂T is the span of those fj with
ji = 0 for all i 6∈ T and ji > 0 for all i ∈ T (i.e., those j whose support is exactly T ). The basis
elements spanning the V̂T then partition the basis, which immediately gives their orthogonality and
the decomposition L2(Q) =

⊕
T⊆[N ] V̂T .

On the other hand, our formulation above makes it clear that this decomposition is independent
of the choice of orthonormal bases, which is the entire benefit of working with coordinate degree—
that we can do calculations without needing to understand the details of the underlying orthogonal
polynomials or orthonormal functions.

A.3 Coordinate decomposition of likelihood ratio

Suppose now that we also have a further probability measure P on ΩN . We do not make the
assumptions of an LVM, and rather allow P to be arbitrary so long as it is absolutely continuous
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to Q and has dP/dQ ∈ L2(Q) (as for a good LVM in the main text). In the main text, we are
interested in the decomposition over the subspaces V̂T of the likelihood ratio L := dP/dQ.

The projections of L to VT , per Proposition A.2, are

LT := E
y[N]\T

L(y). (81)

One may check that this is the natural definition of the likelihood ratio between the marginal law
PT of P on the coordinates of T and the corresponding marginal law QT =

⊗
i∈T Qi, since

E
yT∼QT

LT (yT )f(yT ) = E
y∼Q

L(y)f(yT ) = E
y∼P

f(yT ). (82)

That is, abstractly one would use this to define the marginal law PT by its Radon-Nikodym deriva-
tive to QT . But, in simple cases of discrete measures or continuous measures with well-behaved
densities, one may also check that LT is indeed the ratio of marginal probability mass or density
functions, respectively. We thus refer to the LT as marginal likelihood ratios.

From the previous results we then immediately obtain the following.

Lemma A.7. Define the LCDLR, L≤D := P≤DL, and

L̂T :=
∑

S⊆T

(−1)|T |−|S|LS . (83)

Then, L̂T is the orthogonal projection of L to V̂T . In particular, the L̂T are orthogonal, and

E
y∼Q

L≤D(y)
2 =

∑

T⊆[N ]
|T |≤D

E
y∼Q

L̂T (y)
2. (84)

A.4 Additional remarks

We point out a few more curious features and consequences of our observations that are less essential
to our arguments in the main text.

Expanding the LCDLR Note that both the norm of the LCDLR and the LCDLR itself
may be written completely in terms of the marginal likelihood ratios LT , upon expanding in
Lemma A.7. For the LCDLR, we have either by expanding in the Lemma or by using the for-
mula from Lemma A.6,

L≤D =
∑

T⊆[N ]
|T |≤D

(−1)D−|T |
(
N − |T | − 1

D − |T |

)
LT . (85)

We do not directly use the formula (85), but we include it to emphasize that the LCDLR takes a
surprisingly explicit form in arbitrary models so long as Q is a product measure. We leave it as an
interesting question to ascertain whether the L̂T themselves have a natural statistical meaning for
hypothesis testing or whether (85) can be operationalized into a useful algorithm.

For the norm, one may expand in Lemma A.7 into inner products of the LS , which have the
following appealing structure reflecting the lattice structure of subsets of [N ], analogous to Claim 1
of Proposition A.2 that VS ∩ VT = VS∩T .

Proposition A.8. Ey∼QLS(y)LT (y) = Ey∼QLS∩T (y)2.

This follows from the decomposition, by Proposition A.4, LT =
∑

R⊆T L̂R, where the L̂R are
mutually orthogonal. Alternatively, it may be viewed as a consequence of VS ∩ VT = VS∩T and the
orthogonal meeting of these subspaces from Proposition A.2.
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Connections with χ2 divergence As a special case of Lemma A.7 on the norm of the LCDLR,
we may consider the norm of L itself, which is related to the χ2 divergence between P and Q. The
Lemma thus gives an interesting decomposition of this divergence.

Definition A.9. The χ2 divergence between P and Q is

χ2(P ‖Q) := E
y∼Q

L(y)2 − 1 = E
y∼Q

(L(y)− 1)2 . (86)

Corollary A.10. For any P and Q = Q1 ⊗ · · · ⊗ QN ,

χ2(P ‖Q) =
∑

T⊆[N ]
T 6=∅

E
y∼Q


∑

S⊆T

(−1)|T |−|S|LS(y)




2

. (87)

Proof. The result follows from the definition of χ2 divergence, Lemma A.7, and the observation
that L∅ = 1.

In fact, the same kind of identity also holds for an arbitrary partition of [N ], since we may group
the y1, . . . , yN into various subsets of “effective coordinates” of y and repeat the same analysis.
Actually, the definition (86) itself is just the special case of these formulas when we view y as
having just one coordinate, in which case there is just one term in the summation above that
is equal to Ey∼Q(L{1}(y) − L∅(y))

2 = E(L(y) − 1)2 = EL(y)2 − 1. Generally, when computing
a χ2 divergence, if any subsets of coordinates of Q are independent, then we may apply such a
“coarsening” operation and apply the identity to obtain an interesting decomposition.

In a similar spirit, it is tempting to bound the components of the norm of the LCDLR by χ2

divergences,

E
y∼Q

L̂T (y)
2 ≤ E

y∼Q
(LT (y)− 1)2 = χ2(PT ‖QT ). (88)

This is valid for all T 6= ∅, since one may view L̂T as LT orthogonalized against all L̂S with S ( T ,
while LT − 1 is LT orthogonalized against just L̂∅ = 1. We could thus bound the norm of the
LCDLR by a sum of marginal χ2 divergences,

E
y∼Q

L≤D(y)
2 ≤ 1 +

∑

T⊆[N ]
|T |≤D

χ2(PT ‖QT ), (89)

and in fact one may bound more carefully by a sum over just the |T | = D as well. Unfortunately,
while conceptually appealing, this bound may be verified to be too loose even in, e.g., the spiked
matrix models treated in the main text. The issue is that, upon expanding these divergences as
sums of norms of the L̂S per Corollary A.10, we find that the norms of certain L̂S , say those with
|S| = D/2, are dramatically overcounted in this bound.

Beyond product measures? Finally, we emphasize that, unfortunately, our approach no longer
applies once Q is not a product measure (or, less restrictively per the above, admits no non-trivial
partition into subsets of independent indices). The reason for this is subtle; it is, after all, still true
that Avg[N ]\T (with the interpretation as a conditional expectation) is an orthogonal projection to
VT ; the proof of this in Proposition A.2 still holds. The problem is that AvgS no longer factorizes in
terms of the Avgi, nor do these projections commute, and therefore nor do the VT meet orthogonally.
Indeed, consider the case N = 2 where y1 and y2 are correlated. Intuitively speaking, Avg2y2 ∈ V{1}
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is the “best prediction” of y2 as a function of y1. Avg1Avg2y2 ∈ V{2} is then the best prediction of
this function of y1 as a function of y2—but in the presence of a non-trivial correlation, this is not
a constant, while Avg{1,2}y2 = Ey2 is.

On the other hand, the right-hand side of (85) is still sensible in arbitrary models, as a kind
of “mean-field approximation” of the LCDLR, in the sense of computing what the LCDLR would
be if Q were a product measure. We offer the intriguing question of whether this quantity may be
useful for efficient hypothesis testing even without the product structure of Q.

B Necessity of conditions for universality

We give some elaboration on the conditions that are necessary for universality and when universality
of computational thresholds for strong detection and other tasks should break down.

The following is a very simple example showing that some control of the prior is necessary for
universality of the coordinate advantage to hold.

Example B.1 (Non-universality). Consider the prior X = Unif({±1
2}N ) observed through the

Bernoulli and Gaussian channels. Through Px = Ber(12 + x), when x ∈ {±1
2} we have Px = δx, so

the observation is just P = Ber(12)
⊗N = Q. Therefore,

CAdv≤D

(
X ,Ber

(
1

2
+ x

))
= 1 (90)

for all D ≥ 0. On the other hand, through Px = N (x, 1), for any D ≥ 2,

CAdv≤D(X ,N (x, 1)) ≥ Adv≤D(X ,N (x, 1))

= E
x(1),x(2)∼X

exp≤D(〈x(1),x(2)〉)

≥ E
1

2
〈x(1),x(2)〉2

=
1

8
N, (91)

which diverges as N → ∞ (in the inequality we appeal to Lemma 4.5).

This example illustrates that some assumption on the size of the prior and its entries is necessary,
and one may check that this example fails Assumption P2 of Theorem 3.9. Generally, our brand of
universality holds when the dependence on the channel Px is only on its local behavior near x = 0;
priors whose entries are typically very far from zero like this one can bring out the global differences
of channels. Here, the difference is stark: the Bernoulli channel for a certain magnitude of signal
“tells the truth” and outputs the signal with no noise at all, while the Gaussian channel always
applies some non-trivial noise to the signal.

Remark B.2 (Detection versus recovery). As an aside, this example also happens to showcase
the subtle relationship between detection (hypothesis testing) and recovery (estimation) of x. The
above shows that detection is much easier through the Gaussian channel than through the Bernoulli
channel. Conversely, perfect recovery of x from y ∼ P is trivially possible through the Bernoulli
channel, since y = x. On the other hand, through the Gaussian channel we only make noisy
observations of x ∈ {±1

2}N , and a simple argument shows that it is only possible to estimate a
constant fraction of the xi correctly with high probability.
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Sparse PCA On the other hand, there are situations that Theorem 3.9 does not cover where
we still expect universality to hold. One is sparse PCA. As a specific example, studied for LDP by
[DKWB23], consider the spiked matrix model with the sparse Rademacher prior from Section 3.2,
but with decaying sparsity s = s(n) = o(1). Recall that the prior is the law of X = λ√

n
xx⊤ where

x has n i.i.d. entries drawn from the measure

π = (1− s)δ0 +
s

2
δ1/

√
s +

s

2
δ−1/

√
s, (92)

and the total dimension is N = n2. (Here λ is still a constant not depending on n; we are also
ignoring the symmetry of the observed matrices for the sake of simplicity, which does not make a
material difference.) In particular, with high probability we have that the norms of the vectorization
of the signal are

‖vec(X)‖k ≍ n−1/2
(
(sn)2 · s−k

) 1
k
= s

2
k
−1n

2
k
− 1

2 = s
2
k
−1N

1
k
− 1

4 . (93)

Thus, Assumptions P2 and P3 (for Theorem 3.9) concerning k > 2 are not satisfied once s =
o(1). However, looking more deeply into the proof of Theorem‘3.9, we see that the true source

of non-universality would be for the quantity
∑n

i,j=1(X
(1)
ij )2(X

(2)
ij )2 to be unbounded for typical

independent draws X(1),X(2) from the prior. In the proof, we bound this by the Cauchy-Schwarz
inequality, which does not respect the sparsity structure in the present setting. Indeed, we expect
to have with high probability

n∑

i,j=1

(X
(1)
ij )2(X

(2)
ij )2 ≍ 1

n2

(
n∑

i=1

(x
(1)
i )2(x

(2)
i )2

)2

≍ 1

n2

(
s2n · 1

s2

)2

= 1. (94)

The result of Theorem 3.9 should therefore likely hold for sparse PCA as well, but would require a
more tailored proof treating sparsity more carefully.

Constants and weak detection rates Our proof of Theorem 3.9 makes it apparent that the
constants C1, C2, C3 are generally necessary and depend on the channel P in a way not captured
by the Fisher information. (Indeed, they arise precisely from the error term discussed above, which
appears in the fourth order terms of the Taylor expansion of RP , while the Fisher information
only governs the second order term.) In particular, these constants cannot in general be replaced
by 1 + o(1). As discussed in, e.g., [BAH+22, RSWY23], showing that the coordinate advantage
is 1 + o(1) may be viewed as evidence that weak detection—distinguishing Pn and Qn with some
probability strictly greater than 1

2—is computationally hard. Thus we expect that thresholds for
weak detection should not enjoy the channel universality of thresholds for strong detection. The
remarkable recent work of [MW23] made this connection more precise, showing that the numerical
value of the advantage is related (at least in a spiked matrix model) to the best receiver operating
characteristic (ROC) curve, or tradeoff between Type I and Type II errors, achievable by efficient
testing algorithms. We therefore expect this optimal tradeoff, too, to be non-universal. We propose
the verification of this as an interesting open problem.
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C Omitted proofs

C.1 Assumptions for additive channels: Proof of Proposition 3.11

Recall that we are considering a channel with Px the law of x+ z for z ∼ ρ, where ρ has a density
p(y) on R. This means that Px has a density p(y − x), and the channel likelihood ratios are

Lx(y) =
dPx

dP0
=
p(y − x)

p(y)
, (95)

which is always defined since we have assumed that p(y) > 0 for all y. The channel overlap is then

RP(x
(1), x(2)) = −1 + E

y∼ρ
Lx(1)(y)Lx(2)(y) = −1 +

∫ ∞

−∞

p(y − x(1))p(y − x(2))

p(y)
dy. (96)

This is, up to the −1 term and a logarithm, equivalent to the translation function considered by
[PWBM18] in the special context of PCA. To reiterate an example mentioned there:

Example C.1. When ρ = N (0, 1), then K(x(1), x(2)) = exp(x(1)x(2))− 1.

Proof of Proposition 3.11. It suffices to verify that the assumptions of Theorem 3.9 hold. Since we
assume p(y) > 0 and p is C4 on all of R, Lx(y) is also C4 in x on all of R, so Assumption C1 of
Theorem 3.9 is satisfied. For Assumption C2, we may compute

∂3RP
∂x(1)2∂x(2)

(0, 0) = −
∫ ∞

−∞

p′′(y)p′(y)
p(y)

dy = 0, (97)

since p(−y) = p(y), so p′′(−y) = p′′(y) while p′(−y) = −p′(y), whereby the integrand is an odd
function. The Fisher information is computed similarly:

FP =
∂2RP

∂x(1)∂x(2)
(0, 0) =

∫ ∞

−∞

p′(y)2

p(y)
dy, (98)

as claimed.

Remark C.2. The role the translation function plays in our argument is somewhat different from
that in [PWBM18]. The reason for this is that their calculations (which concern the full χ2 di-
vergence or norm of the likelihood ratio) may be viewed as taking D = N in the formula (not the
bound) of Theorem 3.5, factorizing the resulting expression into a product, and writing this as an

exponential of a sum. More specifically, abbreviating Ri := RP(x
(1)
i , x

(2)
i ),

CAdv≤N (X ,P)2 = E
x(1),x(2)∼X

∑

T⊆[N ]

∏

i∈T
Ri

= E
x(1),x(2)

N∏

i=1

(1 +Ri)

= E
x(1),x(2)

exp

(
N∑

i=1

log(1 +Ri)

)
, (99)

and this is the source of the extra logarithm in the translation function they work with. We obtain a
bound that instead has

∑N
i=1Ri in the exponential, which is larger, but our approach has the benefit

of being easily adaptable to low coordinate degree truncations.
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C.2 Assumptions for exponential family channels: Proof of Proposition 3.12

Let us first review some basic definitions and properties of exponential families that we omitted in
the presentation of the main results in the Introduction. Our discussion is similar to that of the
same topics in [Kun21a].

Definition C.3. Let P̃0 be a probability measure over R which is not a single atom. Let ψ(θ) :=
logEx∼P̃0

[exp(θx)] and Θ := {θ ∈ R : ψ(θ) < ∞}. Then, the natural exponential family (NEF)

generated by P̃0 is the family of probability measures ρθ, for θ ∈ Θ, given by the relative densities

dP̃θ

dP̃0

(y) := exp(θy − ψ(θ)). (100)

ψ(θ) is the cumulant generating function of P̃0. The cumulant generating functions of the P̃θ

are translations of ψ, and the means and variances of P̃θ are thus given by derivatives of ψ evaluated
away from zero,

µθ := E
y∼P̃θ

[y] = ψ′(θ), (101)

σ2θ := Var
y∼P̃θ

[y] = ψ′′(θ). (102)

For compatibility with the statement of Proposition 3.12, we also write

µ := µ0, (103)

σ2 := σ20. (104)

Since P̃0 is not an atom, neither is any P̃θ, so ψ
′′(θ) = σ2θ > 0. Therefore, ψ′ is strictly increasing,

and thus one-to-one. Letting Σ := ψ′(R)−µ ⊆ R, which one may verify is always some open interval,
possibly infinite on either side, of R, we see that P̃θ admits an alternative parametrization by the
mean, which we may also translate by µ := µ0 to obtain the setting specified in Proposition 3.12,

θ(x) := ψ′−1
(µ + x), (105)

Px := P̃θ(x). (106)

Note that θ(0) = 0, so P0 = P̃0.
The channel likelihood ratios in this parametrization are then

Lx(y) =
dPx

dP0
(y) =

dP̃θ(x)

dP̃0

(y) = exp
(
θ(x)y − ψ(θ(x))

)
, (107)

and the channel overlap is

RP(x
(1), x(2)) = E

y∼P0

Lx(1)(y)Lx(2)(y)− 1

= exp(−ψ(θ(x(1)))− ψ(θ(x(2)))) E
y∼P0

exp(y(θ(x(1)) + θ(x2)))− 1

= exp

(
ψ
(
θ(x(1)) + θ(x(2))

)
− ψ(θ(x(1)))− ψ(θ(x(2)))

)
− 1.

It will also be useful to define

KP(x
(1), x(2)) := exp

(
ψ
(
θ(x(1)) + θ(x(2))

)
− ψ(θ(x(1)))− ψ(θ(x(2)))

)
= RP(x

(1), x(2)) + 1. (108)
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Proof of Proposition 3.12. Again we verify the conditions of Theorem 3.9, which requires taking
the first three partial derivatives of RP . For the first derivative:

∂RP
∂x(1)

(x(1), x(2)) = KP(x
(1), x(2))θ′(x(1))

(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)
. (109)

For the mixed second partial derivative:

∂2RP
∂x(1)∂x(2)

(x(1), x(2)) = KP(x
(1), x(2))θ′(x(1))θ′(x(2))

((
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(2)))

)

+ ψ′′(θ(x(1)) + θ(x(2)))

)
. (110)

Finally, for the mixed third partial derivative:

∂3RP
∂x(1)2∂x(2)

(x(1), x(2)) = KP (x
(1), x(2))θ′(x(2))

(
θ′(x(1))2

((
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(2)))

)

+ ψ′′(θ(x(1)) + θ(x(2)))

)(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)

+ θ′′(x(1))

((
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(2)))

)

+ ψ′′(θ(x(1)) + θ(x(2)))

)

+ θ′(x(1))2
((

ψ′′(θ(x(1)) + θ(x(2)))− ψ′′(θ(x(1)))
)(

ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(2)))
)

+
(
ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(1)))

)(
ψ′′(θ(x(1)) + θ(x(2)))

)

+ ψ′′′(θ(x(1)) + θ(x(2)))

))
. (111)

The derivatives of θ(x) appearing in these formulas are

θ′(x) =
1

ψ′′(θ(x))
, (112)

θ′′(x) = − ψ′′′(θ(x))
ψ′′(θ(x))2

θ′(x) = − ψ′′′(θ(x))
ψ′′(θ(x))3

. (113)

We then have

θ(0) = 0, (114)

θ′(0) =
1

σ2
, (115)

θ′′(0) = −ψ
′′′(0)
σ6

. (116)
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Further, when we evaluate the derivatives of RP at x(1) = x(2) = 0, we will have many cancellations
because, for i ∈ {1, 2},

ψ′(θ(x(1)) + θ(x(2)))− ψ′(θ(x(i))) = ψ′(0) − ψ′(0) = 0. (117)

In particular, for the Fisher information we find

∂2RP
∂x(1)∂x(2)

(0, 0) =
1

σ2
· 1

σ2
· (0 + σ2) =

1

σ2
, (118)

as claimed, while for the third mixed derivatives we find

∂3RP
∂x(1)2∂x(2)

(0, 0) =
1

σ2
·
(
0− ψ′′′(0)

σ6
· (0 + σ2) +

1

σ4
ψ′′′(0)

)
= 0, (119)

completing the proof.

C.3 Truncated exponentials: Proof of Proposition 5.3

We will use throughout the integral formula

exp≤D(x) =
1

D!

∫ ∞

0
exp(−s) (x+ s)D ds, (120)

which may be found in [DCS03].

Proof of Proposition 5.3. The first inequality of the first claim, exp≤D(x) > 0, follows directly from
this since D is even, and the second inequality of the first claim, exp≤D(x) ≤ exp(|x|), follows by the
triangle inequality and Taylor expansion. For the second claim, note that the left-hand inequality
follows from the right-hand one: if the right-hand inequality holds, we may also bound

exp≤D(x) = exp≤D(x+ y − y) ≤ exp≤D(x+ y) exp(100|y|), (121)

and rearranging gives the left-hand inequality.
To prove the remaining right-hand inequality, we rewrite

log
exp≤D(x+ y)

exp≤D(x)
= log exp≤D(x+ y)− log exp≤D(x)

=

∫ x+y

x

d

dt
log exp≤D(t) dt

=

∫ x+y

x

exp≤D−1(t)

exp≤D(t)
dt

=

∫ x+y

x

(
1−

tD

D!

exp≤D(t)

)
dt

= y −
∫ x+y

x

tD∫∞
0 exp(−s)(t+ s)Dds

dt (122)

We will show that the quantities

ID(t) :=
tD∫∞

0 exp(−s)(t+ s)Dds
dt (123)
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inside the remaining integral are uniformly bounded above for all t ∈ R andD ≥ 0 even. Fix some t0
to be chosen later. We first note that ID(0) = 1, and for t > 0 we have ID(t) ≤ 1/(

∫∞
0 exp(−s)ds) =

1. So, we may restrict our attention to t < 0. Let us write this as ID(−t) for t > 0. We have

1

ID(−t)
=

∫ ∞

0
exp(−s)

(
1− s

t

)D
ds, (124)

and it suffices to bound this quantity from below. Set a further constant C > 0 to be fixed later.
We consider three cases.

Case 1, t ≤ t0: We may bound

1

ID(−t)
≥
∫ ∞

2t
exp(−s)

(
1− s

t

)D
ds

≥
∫ ∞

2t
exp(−s)ds

= 1− exp(−2t)

≥ 1− exp(−2t0). (125)

Case 2, t > t0 and D ≤ Ct: We may bound using that (1− r)D ≥ 1−Dr,

1

ID(−t)
≥
∫ t/D

0
exp(−s)

(
1− Ds

t

)
ds

=

∫ t/D

0
exp(−s)ds− D

t

∫ t/D

0
s exp(−s)ds

= 1− exp

(
− t

D

)
− D

t

(
1− exp

(
− t

D

)(
t

D
+ 1

))

This is an increasing function of t/D, on t/D ≥ 0, increasing from 0 to 1 as t/D → ∞. Thus, since
under the assumption of this case t/D ≥ 1/C, our expression will be bounded below as

≥ 1− exp

(
1

C

)
− C

(
1− exp

(
− 1

C

)(
1

C
+ 1

))
. (126)

Case 3, t > t0 and D > Ct:

1

ID(−t)
≥
∫ ∞

2t
exp(−s)

(s
t
− 1
)D

ds

= exp(−2t)

∫ ∞

0
exp(−s)

(
1 +

s

t

)D
ds

≥ exp(−2t)

∫ ∞

0
exp(−s)

(
1 +

s

t

)Ct
ds

≥ exp(−2t)

∫ t+1

t
exp(−s)

(
1 +

s

t

)Ct
ds

≥ exp(−2t) · exp(−t− 1)2Ct

= exp (t(C log(2) − 3)− 1)

so, so long as C > 3/ log(2), we have

≥ exp (t0(C log(2)− 3)− 1) . (127)
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Concretely, taking t0 = C = 5 and evaluating our lower bounds in the three cases gives that,
for all D ≥ 0 even and t ∈ R, ID(t) ≤ 99. Plugging into our original calculations, we find that

log
exp≤D(x+ y)

exp≤D(x)
≤ 100|y|, (128)

and the result follows.

C.4 Binomial coefficients: Proof of Proposition 5.6

Proof of Proposition 5.6. We first expand directly:

(
k

t

)
=

1

t!
k(k − 1) · · · (k − t+ 1)

=
kt

t!
1

(
1− 1

k

)
· · ·
(
1− t− 1

k

)

=
kt

t!
exp

(
t−1∑

i=0

log

(
1− i

k

))

and for the remaining sum, note that log(1− x) ≥ −2x for all 0 ≤ x ≤ 1
2 , so

≥ kt

t!
exp

(
−2

k

t−1∑

i=0

i

)

≥ kt

t!
exp

(
− t

2

k

)
, (129)

as claimed.

C.5 Polynomial advantage in spiked tensor model: Proof of Proposition 6.3

Proof of Proposition 6.3. We give the argument for the case π = Unif({±1}), which is easily gen-
eralized to other bounded distributions for the prior entries. By the proof in Section 3.1.1 of
[KWB22], we have

Adv≤D−2(Xn,P) ≤
D−2∑

d=0

(
λ2qq/2+1(2D)(q−2)/2

)d

By taking bq large enough, since we assume λ ≥ bqD
−(q−2)/4, we may ensure the quantity being

raised to powers is greater than 2. Thus,

≤ 2
(
λ2qq/2+1(2D)(q−2)/2

)D−2
. (130)

On the other hand, by the proof in Section 3.1.2 of [KWB22], we have

Adv≤D(Xn,P) ≥
(
λ2e−qqq/2D(q−2)/2

)D
, (131)

and combining the two inequalities gives the result upon taking bq large enough.
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