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Abstract

The paper studies spectral representation as well as predictability and recoverability prob-
lems for non-vanishing discrete time signals from ¢, i.e. for bounded discrete time signals,
including signals that do not vanish at +co. The extends the notions of transfer functions,
the spectrum gaps, bandlimitness, and filters, on these general type signals. Some frequency
conditions of predictability and data recoverability are presented, and some recovery methods

and predictors have been suggested.
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1 Introduction

The most important tools used for signal processing and system theory are based on the repre-
sentation of signal processes in the frequency domain. This includes, in particular, the notions of
transfer functions, spectrum gaps, filters, conditions of predictability and data recoverability. For
the continuous time processes x(t)|«cRr, the spectrum representation is via the Fourier transform
for two-sided processes vanishing as ¢ — +oo and via the Laplace transform for one-sided pro-

cesses being zero on a half of the time axis but not necessarily vanishing on the other half of the

—+00

;=2 o and their spectrum

time axis. A similar situation is for the discrete time processes {x(t)
representation via Z-transform. For two-sided processes vanishing sufficiently fast on oo such
as processes from (9, this Z-transform is well defined on the unit circle {z € C: |z| = 1}. For
one-sided processes {z(t)};2>°_ from /., i.e. such that either z(¢) = 0 for t < 0 or z(¢) = 0 for

t > 0, one can apply Z-transform defined in some open domains with circular boundaries either

outside or inside of the unit circle {z € C: |z| = 1}. In this case, the signals they do not have
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to vanish on the other half of the time axis. For the special case of bounded one-sided processes
{x(t)},.° ., i.e. such that either z(t) = 0 for t < 0 or x(t) = 0 for t > 0, this Z-transform is
defined either in the domain {z € C: |z| < 1} or in the domain {z € C: |z]| > 1}.

It can be observed that any signal from /., can be modified to a signal from ¢; without
any loss of information, for example, by replacement x(t) by e_‘”x(t). However, at least for
the case of signals from /5, these damping transformations represent the convolutions on the
circle {z € C : |z| = 1} in the frequency domain, with smoothing kernels. Unfortunately,
these transformations would remove spectrum degeneracies commonly exploited in data recovery
and prediction for signal processing. For the general type two-sided processes from /.., one
could expect a similar impact of the damping transformations on the spectrum. This could be
inconvenient, since it imposes undesirable restrictions on the underlying models. This is our
motivation for studying spectral representation for general type non-vanoshing bounded signals.

Formally, the spectral representation for bounded non-vanishing discrete time signals is defined
as Fourier transforms for pseudo-measures on [—m, 7] were represented as elements of {.; see
Chapter III in [5]. However, this definition didn’t lead so far to frequency based notions and
methods such as filtering, predicting, and data recovery, for non-vanishing signals. The paper
suggests more constructive definition of spectral representation for non-vanishing signals. Based
on this definition, the paper extends the notions of transfer functions, spectrum gaps, and filters,
on these general type signals (Section [B]). This allowed to obtain some frequency conditions of
predictability and data recoverability for non-vanishing signals with spectrum degeneracy (see
Section [).

It can be noted the a similar approach was developed for spectral representation and predicting
of non-vanishing bounded continuous time signals in [3]. This spectral representation was applied

for the sampling problem and interpolation formula in [4].

Some notations

Let Z, R, and C, be the set of all integer, real, and complex numbers, respectively.

Let T:={2€C: |2|]=1},D:={2€C: |z|>1},and D:={2 € C: |z| > 1}.

We denote by £ the set of all processes (signals) = : Z — C, such that ||z, = sup,cz |z(t)] <
+00.

For r € [1,00), we denote by ¢, the set of all processes (signals) x : Z — C, such that
@l = (522 oo le(®)7) " < +oo.

Let C([—m,x]) be the standard linear space of continuous functions f : [—7, 7] — C with the

uniform norm || f||¢ := sup,, | f(w)].



p
Let W (—, ) denote the Sobolev space of functions f : [~7, 7] — C that belong to La(—7,7)

together with the distributional derivatives up to the first order, and such that f(—m) = f(7).
We denote by I the indicator function.

2 Spectral representation of processes from /.

Let A be the space of functions f € C([—m,7]) with the finite norm || f|la4 := > ez | fil, where
fk = % ffﬂ e~ f(s)ds are the Fourier coefficients of f. In other words, A is the space of
absolutely convergent Fourier series on [—m,7|. By the choice of its norm, this is a separable
Banach space that is isomorphic to £;.

Clearly, the embeddings A C C([—, 7]) is continuous. It can be noted that there are functions
in C([—m,7]) that do not belong to A; see, e.g., [6], p.113.

We assume that each X € Ly([—m,n]) represents an element of the dual space C([—m,7])*

such that (X, f) = = [7 X(w)f(w)dw for f € C([~m,7]). We will use the same notation (-, -)

for the extension of this bilinear form on A* x A.
Proposition 1 i. If fe Aand g€ A, then h= fge A, and |h||a < |f|lallgll.a-
it. The embedding Wl}zl (—m,m) C A is continuous.
It follows that the embeddings
Ac C([-m,7]) C Li([—7, 7)), Li([-m,n)* c C([—m,n])* C A*

are continuous.

The space A and its dual A* can be used to define formally a spectral representation for
r € Uy via X € A" such that (X, f) =3, z(k) fy, for any f € A, where {f,} € £, is the series
of the Fourier coefficients for f, similarly to Chapter III in [5], where the Fourier transforms for
pseudo-measures on [—, 7] were represented as elements of /,. For the continuous time signals,
a definition of the Fourier transform via a similar duality is given in Chapter VI in [6]. However,
for the purposes related to the problems of recoverability and prediction of digital signals, we will

need a straightforward definition based on the following lemma.

Lemma 1 For any x € ls, there exists a weak™ limit X € A* of the sequence of functions
Xm(w) =30 e iy (t) defined on [—m, 7] form = 1,2,.... This X is such that || X || a4+ = ||7 s
and that (X, f) = Etezx(k‘)fk, where {fk} € {1 is the series of the Fourier coefficients for f.




It can be noted that, in the lemma above, X,, € L1([—=, 7]) C C([-7,7])* C A*.
We define a mapping F : {oo — A" such that X = Fz for x € £ is the limit in A* introduced
in Lemma [l By Lemma [T this mapping is linear and continuous.

Further, define a mapping G : A* — £, such that
z(t) = (X, ey for 2=GX, XcA* tcl.

Clearly, the operator G : A* — /f4 is linear and continuous. In addition, for x = GX and

T = GX,n, we have that z,,(t) = x(t)ﬂmgm-

Theorem 1 The mappings F : oo — A" and G : A* — l are continuous isometric bijections

such that F =G and G = F~L.
Based on this, we will write F~! instead of G.

Remark 1 The space A was selected by the following reasons:

i. it is wide enough, with weak enough topology, to embed the set of functions {e"t}icz in its

unit ball, and

1. it is tiny enough, with strong enough topology, to ensure that Lemma[d holds.

Further, we say that X € A* is real valued (imaginary valued) if (X, f) is real (or imaginary)
for any real valued f € A. Clearly, any X € A* allows a unique representation X = X + iX,
where X, X € A* are real. We will use notations Re X for X and Im X for X.

We say that a real valued X € A* is odd (even) if (X, f) = 0 for any real valued odd (even)
feA

It is easy to show that if X € A* is real valued then Re X is even and Im X is odd; if X € A*

is real valued and even then Im X = 0.

3 Applications for signal processing

The spectral representation introduced above allows to extend some standard tools of signal
processing on the case of signals from /... In particular, it allows to characterise signals from
Lo featuring spectral gaps, such as band limited processes. Also, it supports implementation of
important tools such as transfer functions and low-pass filter, and it helps to obtain predicting

and data recovery algorithms for these signals.



3.1 Transfer functions

The existing theory does not consider transfer functions applied to the general type two-sided
processes z(t) from £, that do not vanish ¢ — +o00. The suggested above spectral representation

of x € V4, via elements from A* allows to implement the transfer functions for all € /..

Definition 1 Let H : T — C be such that the function H (ei') defined on [—m, 7| belongs to A.
Then we say that H (ei') 18 a transfer function on ls. For x € lo and X = Fx, we define
X =HX € A* and 7 = F'X such that (X, f) = (X, H (") f).

It can be noted that, by Proposition [di), for any f € A, we have that H (ei') f € A as well.
Hence X = HX is well defined as an element of A*.

Lemma 2 Let H : T — C be such that H (ei') e A, and let H(ei“’) = zkezﬁkeiwk, where
{hitrez €01. Let X € A*, X = HX, and & = F1X. Then

B(t) =Y hgr(a).

qEZL

The series absolutely converges uniformly over any bounded set of x € .

3.2 Spectrum degeneracy

The spectral representation introduced above allows to describe signals from ¢, featuring spectral

gaps, such as band limited processes, as well as weaker types of spectrum degeneracy.

Definition 2 (i) For a Borel measurable set D C [—m, 7| with non-empty interior, let x € l
be such that (Fx, f) =0 for any f € A such that f|_; q\p = 0. In this case, we say that
D is a spectral gap of x € b and of X = FX.

(ii) Let I' be a set. Assume that a function G : R x I' = C be such that G(-,g) € A for each
g €T, and supyer |G(+, 9)[la = +o0. Let x € L be such that supyer ||G(+, 9) X |

Ax < +00.

Then we say that the signal x features spectrum degeneracy that compensates G.

Example 1 Let r > 0, I' = (0,1), and G(w,v) = (lw|" +v)7L. Let x € {1 N ls be such that
eSS SUPe[—r,a] [ X (W)]|/G(w,0) < 400 for X = Fx. Then x features spectrum degeneracy that

compensates G.

p
In the example above, G(-,v) €Wy ([—m,7), hence G(-,v) € A for v > 0. The corresponding

spectrum degeneracy is a single point spectrum degeneracy.



3.3 Filters

Unfortunately, the ideal low-pass and high-pass filters with rectangle profile of the transfer function
do not belong to A. Hence they are not covered by Definition [Ilof the transfer functions applicable
to signals from /... However, some approximations of these ideal filters can be achieved with

trapezoid response functions from A. For example, let

Hyq (€)= Twelpaly + %H{we@,qn + %H{we[—q,—m},
P

where 0 < p < ¢ < m. Since Wi (—m,7) C A, the functions H,, (ei') belong to A, hence they
are admissible transfer functions on (. Clearly, for any = € (o, and X = Fx, we have that
H, ,X has a spectral gap on (—m, —q) U (g, 7); in this sense, the filtered process 7 = F~1(H, ,X)
is band-limited.

For ¢ — p+, these functions approximate the ideal low pass filter with the pass interval
(—p,p), i.e. with the rectangular transfer function Hp ) (ei‘*’) = Lyuej—pppy- As was mentioned
above, Hy, (€") ¢ A, hence it does not represent a transfer function that is applicable for signals

from {.

Remark 2 For anyp >0 and ¢ > p and for T'={v: v > 0}, each signal x with a spectrum gap

[—q, q] features spectrum degeneracy that compensates G(w,p,q) = vHp 4(w).

3.4 Causal transfer functions

Definition 3 We say that a transfer function H on fo, such as described in Definition[d is causal
if, for any T € Z and any x € loo such that if x(t) = 0 for allt < 7 thenZ(7) = 0, where T = F1X
and X = HX.

It can be noted that, in the definition above, X € A"

Theorem 2 Assume that a function H : D — C is continuous on D and analytic on D, and that
H (ei') € A. Then H (ei') s a transfer function on L~ that is causal in the sense of Definition[3.
4 Applications for data recovery and prediction problems

We consider the task of recovering of non-observed values x(tx)|kears from the observed values

7 (tg)|keza for signals from certain subsets of £o.



4.1 Recovery of a finite set of missed values

Let D C [—m, 7] be a Borel set with non-empty interior. Let V(D) (or Vg(D), or V(D)) be the

set of all signals x € ¢, such that z = z, + x5, where
e D is a spectral gap for X, = Fz, (or for Re X,,, or for Im X,,, respectively);

e X, = Fu, is such that X; € C([—m,7])*, and this X is represented by a Radon measure

on [—m, 7| that is singular with respect to the Lebesgue measure.

In particular, the corresponding signals include x include signals EkeZ ae™rt for all {ak}Z‘éZ €
(1. In this case, X(-) = > ,cp rd(- —wy), where 6(- —wy,) are delta-functions, i.e. (6(-—wy), f) =
flwy) for f e C([-m,]).

Clearly, V(D) C Vgr(D)NV(D).

Theorem 3 For any Borel set D C [—7, 71| set with non-empty interior, for any finite set M C Z,
the values z(t)|tem for any x € Vr(D) U V(D) are uniquely defined by the values z(t)|ieza-

As far as we know, the impact on the recoverability of the degeneracy featured only by the
real (imaginary) part of the signal spectrum has not been presented in the existing literature.

Formally, Theorem Blimplies a method of recovery for x| since the trigonometric polynomial
Xm(w) = D€ "™a(t) is observable on D in the following sense: for any f € A supported
on D, we have that (X, f) = —(Xz\ m, f), where Xz o := F(Lgpq(-)). However, this would
require to calculate Xz, ¢, which seems to be numerically challenging. The following theorem gives
an alternative approach based on implementation of explicitly given causal transfer functions and

applicable for signals from a more narrow class V(D).

4.2 Predicting problem

Let ¢ > 0 and g > 1 be given. For @ € (—m, 7], v € (0,1), let

c

G(w, ZJ, V) = exp m

P
The functions G(-,&,v) €W4 (—n,7) for any & and v. Hence they belong to A. In addition, we
have that ||G(-,&,v)||l4 — 400 as v — 0.

Let A5 be the set of all processes x € fs with a single point spectrum degeneracy at @

compensating G, i.e., such that

||xHX@ ‘= sup HXG(7&;7V)‘ Ax < +00, X = Fux.

ve(0,1)



Let X be the set of all processes z € Lo (R) such that

[z|x, == sup [|XG(,@,v)|
ve(0,1)

A < +oo, X = Fx.

We consider A as a linear normed space with the corresponding norm.
In particular, this set included all processes with the any spectral gap D C [—m, 7| with
non-empty interior such that ¢ belongs to the interior of the arc {e“}ep.

Let r € (0,1) and be given. For all 4 > 0, define

H(2) =z (1 — exp [—ﬁﬂ_rb . (1)

' P
We have that H.,(e") eWy (—m,7) C A.

Theorem 4 The functions {H, (ei')}7>0 C A are causal transfer functions defined on fo, such
that, for any @ € (—m, |, there exists 7 > 0 such that

sup [2(t +1) —Z,(t)| <e  Vy=27
teZ

for any x € X such that ||z||x, < 1. Here

t
T, (t) = et Z h (t — §)e! TPy (s),  h, = F'H,.
S§=—00
It will be shown below that the functions H., approximate e on T for w € (—m,7) as 7 — +o0,
i.e., they represent a one-step predictor.
These predictors were introduced in [I]. In [2], some numerical experiments for these predictors

have been described, in particular, with different choices with choice of r.

4.3 Recoverability in the case of unknown spectral gap

For Q > 0, let U(§2) (or Ur(S2), or Ur(£2)) be the set of all signals = € { such that, for each z,
there exists a Borel measurable set D = D(z(-)) C [—m, x| such that mesD > Q and z € V(D)
(or Vr(D), or V(D) respectively). Clearly, U(2) C Ur(Q2) NU ().

Let |[r]| denotes the integer part of r > 0, and |[M| denotes the number of elements of a set

M.

Theorem 5 For any finite set M C Z, for any x € Ur(Q)UU(Q)), for a given set of observations

x(t)temm, the number of possible different ordered sets {z(t)}tem cannot exceed N := [27/Q].



It can be noted that, in Theorem [ the estimate for the possible number of values in C!M! for
the non-observable vector {z(t)}tca does not depend on M or |M].

In particular, if Q > 7/2 then the vector {x(¢)}tcr is uniquely defined by the observations
r(t)[temm- If © > 7/4 then the vector {z(t)}iem can take no more than two possible values in

CM for any given set of the observations #(f)|;ez -

5 Proofs

Proof of Proposition [l Let ﬁ, Ok, and ﬁk, be the Fourier coefficients for f, g,and h.
We have that

Ihlla ="l =

keZ keZ

IS U frallGal =7 18l D 1 Famdl = 1 £llallgla.

kE€Z deZ deZ keZ

> fr-dba

deZ

This proves statement (i).
p
Further, let f €W, (—m, 7). We have that
S0+ E)RE < ClfIR,
ke Wi(—m,m)

for some C' > 0 independent on f. Further, we have that df (w)/dw € Lo(—m,7) and

1/2 1/2
Z|fk|§<Z<1+k2>|ﬁ|2-2<1+k2>—1> <Ifllg, (Z(1+k2)‘1> .

keZ keZ keZ keZ
This proves statement (ii). O

Proof of Lemmalll Let Uyq:={f € A: | f|la <1}. For any f € Uy, we have that

m

> #(f:

t=—m

m
< max |2(t)] D 1Al < [zl

Tt |t <m

(X )| =

t=—m

Here ft are the Fourier coefficients for f.

For r > 0, let P(r) :={X € A*: [(X,f)] <r Vf € Uyg}. We have that A is a separa-
ble Banach space. By the Banach—Alaoglu theorem, P(r) is sequentially compact in the weak*
topology of the dual space A* for any r > 0; see, e.g., Theorem 3.17 [7], p.68. Hence there exists
a sequence of positive integers m; < mg < ms3 < ... such that the subsequence {X,,, }32, of the
sequence {X,,}>°_; C P(]|z|lo) has a weak™ limit in X € P(||z|/s)-

Further, for any f € U4 and any integers n > m > 0, we have that

(X=X, D)l =] D a®f| <ol Y. [l >0 as m— +oo, (2)

t: m<|t|<n t: m<|t|<n



Let us prove that the original sequence {X,,} also has a weak™ limit X in A*.

Let f € A be given. Let us show that for any € > 0 there exists N = N(f,e) such that
(X=X, )l <= VE>N. (3)

Since X is a weak™ limit of the subsequence {X,,, }7°_,, and by the property (), it follows that
for any € > 0 there exists N = N(f, ) such that

(Xm, — X, f)| <e/2 VE>N,
(X — X, /)] <€/2 YE> N, Vm > my,.

Hence (@) holds. Hence the sequence {X,,} has the same as {X,,, }32, weak® limit X in A* that
belongs to P(||z]|), i-€., [{X, )| < ||z|lec for all f € A such that ||f]|4 < 1.

Furthermore, let a sequence {t;}32, C Z be such that limj_, o |2(tx)] = ||z||c. Consider
functions fi(w) = e™?; they belong to A, and ||fx|][4 = 1 for all k. We have that [(X, fx)| =
|z(te)] — ||zlle, as k — +oo. Hence supy |[(X, fx)| > ||2]|co- It follows that the operator norm
| X ||a= is ||x|le...- The proof that (X, f) = Ztezx(kz)ﬁ is straightforward. This completes the
proof. [

Proof of Theorem 1 We have that the mappings G : A* — lo and F : o — A* are linear
and continuous.

Let us show that the mapping G : A* — /. is injective, i.e. that
if x=G(X)=0,, then X =04-.
Suppose that = G(X) = 0,__, i.e.
z(t) = (X,e") =0

for all t € Z. In this case, for any f € A, we have that f =%, _, fkei'k for {fk} € (1, and

(X, f)] = ‘<X, > fret)

keZ

Ssup‘ X, etk ‘ ﬁ =0.
k€Z< >l§! |

This means that X = 04+. Hence the mapping G : A* — £ is injective.

Let us show that the mapping G : A* — ( is surjective, i.e. that G(A*) = . Let x € { be
any, let X, (w) = > /0 e “ix(t), and let X = Fa. We have that X € A*. It can be calculated
directly that (X,,,e") = x(t)Ly<p, for any t € Z. Hence

z(t) = lim (Xm,ei't> = (X, e“)

m——+00

10



for any t € Z. Hence x = GX. Therefore, the mapping G is surjective. Moreover, this proof
implies also that G(Fx) = x for any z € {. In its turn, this implies that F(GX) = X for all
X e A

Hence the mapping G : A* — (. is a bijection, G~! = F, and F~! =G.

As was mentioned above, the continuity of the mapping G : A* — f is obvious. The continuity
of the mapping F = G~! : /o, — A* follows from Lemma [I} alternatively, it can be shown using
e.g. Corollary 2.12(c) in [7], p. 49. This completes the proof of Theorem Il [

Proof of Lemma@ Let xp,(t) = 2()ljj<my Xim(w) := Fap = Y- e “lx(t). We have that
X, converses to X in weak* topology of A* as m — +o00. Hence

Z(t) = (X, = (X, H (¢") &) = lim (X, H (") )

m——+00

for any t € Z. Here

<Xm,H (ez) ei-t> _ m’z hke—zk zt _ mazhkel (t— k
keZ keZ
m m

= <Z qu the (t— k Z x(Q)/}\lt—qa

q=—m k€EZ g=—m

since ¢ =t — k if and only if kK =t — ¢. It follows that the sequence (X,,, H (ei') ey, m=1,2, ...,
has a limit )

of x € £ since

€L x(q)ﬁt_q in C. This series absolutely converges uniformly over any bounded set

Yo w@hig| <2l Y (gl 20 as m— 400,

q€Z: |g|>m q€EZ: |q|>m

This completes the proof. [J

Proof of Theorem [4 The assumptions on H imply that H(z) = Zzozoﬁkz_k, i.e. that
H(e") =302, hye™"*. Then the result follows from Lemma 2 O

In addition, let us provide an alternative proof of Theorem [2] that does not rely on Lemma
Let X € A* and x = F~'X be such that 2(t) = O for t < 7. Form = 1,2, ..., let @, (t) = 2(t)[|<p,
and X,;, = F oy, = S0 e x(t). Further, let )?m = H(e")X,, and T, = f‘l)z'm. From
the standard theory of causal transfer functions for processes from ¢o, we know that Z,,(7) = 0
for all m. As was shown in the proof of Theorem [II we have that X,, — X as m — 400 in
weak* topology of A*. Since H(e")f € A for any f € A, it follows that X, = H(e")X,, — X
as m — +oo in weak® topology of A*. Hence Z,,(7) — Z(7) as m — +o00. Therefore, Z(7) = 0.

This completes the proof. [J

11



Proof of Theorem [3 Let z1,29 € V(D) be such that x1(t) = zo(t) for t ¢ M. Let y :=
x1 — xo. It is easy to see that y € V(D). Furthermore, we have that y(t) = 0 for t ¢ M,
hence Y (w) = (Fy)(w) = > jepq € "™y(t). Since a non-zero finite combination of sine and cosine
functions cannot be identically zero on a interval, we can have that y € V(D) only if y(¢) = 0 for

any t € M, i.e. if y = 0. This completes the proof. [

12



Proof of Theorem [} The functions H.(z) belong to A, and they are analytic on D = {z :

|z] > 1}. Hence they are causal transfer functions belonging to A.

Assume first that @ = 7, i.e., e = —1.
Let
Uy(z) :==1—exp [_z—i—+—fy—’“] , V,(w) := e¥U, (ei‘”) , z€C, we (—m,m7|.

In our setting, x(¢ 4+ 1) is the output of anticausal convolution with the transfer function

K(2) =z, ie, z(t+1) = Z71(KZx)(t). We have that
z(t+1)—2,(t) = (X,1-H, (ei')]ei't> = (X, ei'tVV>
= <X7 G(? ™, ’Y_T)_lG(W ™, ’Y_T)_lei.tv’»
= <XG(7 T, /7_7“)7 G(7 T, V_T)_lei.tv“»‘
Lemma 3 (i) For any v > 0, the functions zU,(z) are continuous on D and analytic on D.
(i) V(i-)G(-, 7,y ")t € A for any v >0, and |V (i-)G(-, 7,7 ") |4 — 0 as v = +oo.
Proof of Lemma[3 Clearly, 1 — exp(z) = — > 5 (~1)*2* /k! for x € C. Hence

“+oo
_ (=D**
U“{(Z) - ; k:'(z 1 +’7_T)k

P
and V, eWy (—m,7) C A.
Since the growth of the module z on D is being compensated by multiplying on U, (%), it follows

that zU,(z) are continuous and bounded on D and analytic on D. Then statement (i) Lemma

follows.

Further, we have that ||V (i-)G(:,m, v ") a < [|[VGE)G(E )7 by To prove

Wy (—m,m
Lemma [3 (ii), it suffices to show that ||V (i-)G(-,7,7~") 7| 3 : — 0 as v — +o0.
Wy (=m,m
We have that V, () G(w, 7,y ")~! = e~ (@) where
c
hy(w) + i

- |eiw+1|q+7—r eiw_‘_l_,y—r'
The proof for Lemma [ (ii) explores the fact that Re,(w) — +oo as v — 400 for all w # £
and inf, Re ¢ (w) is bounded in a neighbourhood of w = 4. The proof is similar to the proof of

Lemma 1 in [I] and is rather technical; it will be omitted here. O
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Furthermore, we have that

j(t + 1) = Z,(2)]

IN

IXGC )]
= [[x&t,ma™)

G
G('v W)W_T)_IV’YHA
G('7 T, V_T)_IV’YHA-

A*

A*
< sup | XG(, w7
v>0

A*

By Lemma [3 (ii), the proof of Theorem [ follows for the case where @ = 7.

For the case where & # 7, we can apply these predictors Hy to the signal y(t) := e!(™=%)g(t).
Let Y = F~ly and Y = H,Y'; this is a one-step prediction process for y(t), i.e. y(t) ~ y(t + 1).
The implied one-step prediction process Z for z can be obtained as Z(t) = ¢ @=™(t). This
completes the proof of Theorem [d [

Proof of Theorem 3. Let V(D) and U(Q) denote either V(D) and Ug () or Vi (D) and U; ()
respectively. Suppose that x1, 29,29, ...,xN1+1 € Q(Q) are such that z1(t) = x2(t) = ... = xn4+1(2)
for all ¢t ¢ M and that at least some of the vectors vy = {xp(t)}tem are different. By the
assumptions, there exist Borel sets Dy ,...,D;,+1 with the measure {2 or larger such that xj € 17(Dk)
Since N > [27/Q], we have that N + 1 > |27/ + 1. Hence there exist m,n € {1,...,N + 1}
such that mes (D, N D,,) > 0 and m # n.

Let y := @y, — x,. We have that y(t) = 0 for t ¢ M and y € V(D,, N Dy,). The remaining
part of the proof follows the proof of Theorem B we have Y (w) = (Fy)(w) = Y e € “y(t).
Since a non-zero finite combination of the sine and cosine functions cannot be identically zero on
a interval, we can have that y € )7(Dn N D,,) only if y(t) = 0 for any t € M, i.e. if y = 0. This

contradicts supposition. This completes the proof. [J

6 Concluding remarks and further research

i. It would be interesting to characterise, in the time domain, the set of "irregular” signals

x € Uy such that X = Fz € A*\ C([-m,7])*.

ii. So far, it is unclear if the set of all predictable/recoverable processes is everywhere dense
in the space f., similarly to the space f5, where the set of all band-limited processes is

everywhere dense.

iii. Theorem M implies that, for any x € £, such that X = Fz has a single point spectrum
degeneracy of a certain kind, and any 7 € Z, the observations of the one-sided tail {z(t)}1<,

defines the entire signals x; therefore, this theorem implies as well the statement of Theorem

14



for these processes. However, Theorem [ does not cover processes from wider classes

Vr(D) and V(D) covered by Theorem

iv. The proof of Theorem Hl implies that the functions H.(e*’) approximate e for w € (—m, )

as 7 — +00, in a certain sense.
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