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Abstract—As a promising key technology of 6th generation
(6G) mobile communication system, integrated sensing and com-
munication (ISAC) technology aims to make full use of spectrum
resources to enable the functional integration of communication
and sensing. The ISAC-enabled mobile communication system
regularly operate in non-continuous spectrum bands due to
crowded licensed frequency bands. However, the conventional
sensing algorithms over non-continuous spectrum bands have
disadvantages such as reduced peak-to-side lobe ratio (PSLR) and
degraded anti-noise performance. Facing this challenge, we pro-
pose a high-precision ISAC signal processing algorithm based on
compressed sensing (CS) in this paper. By integrating the resource
block group (RBG) configuration information in Sth generation
new radio (5G NR) and channel information matrices, we can
dynamically and accurately obtain power estimation spectra.
Moreover, we employ the fast iterative shrinkage-thresholding
algorithm (FISTA) to address the reconstruction problem and uti-
lize K-fold cross validation (KCV) to obtain optimal parameters.
Simulation results show that the proposed algorithm has lower
sidelobes or even zero sidelobes compared with conventional
sensing algorithms. Meanwhile, compared with the improved 2D
FFT algorithm and conventional 2D FFT algorithm, the proposed
algorithms in this paper have a maximum improvement of 54.66
% and 84.36 % in range estimation accuracy, and 41.54 % and
97.09 % in velocity estimation accuracy, respectively.

Index Terms—Compressed sensing (CS), integrated sens-
ing and communication (ISAC), machine learning (ML), non-
continuous spectrum, non-continuous OFDM (NC-OFDM), signal
processing, unlicensed spectrum bands.

I. INTRODUCTION

With the emerging typical applications such as smart city
and intelligent transportation, the integrated sensing and com-
munication (ISAC) in 5th generation-advanced (5G-A) and
6th generation (6G) mobile communication system aims to
integrate sensing services into mobile communication in-
frastructure [[1]], [2]. On one hand, compared with separate
design of communication and radar sensing, the ISAC system
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realizes the sharing of hardware and spectrum resources of
radar sensing and communication, thereby saving spectrum
resources and improving hardware efficiency [3]-[6]. On the
other hand, radar and communication systems have high
similarities in hardware architecture, antenna structure, and
spectrum bands, which provide feasibility for the integrated
design of communication and sensing. Therefore, the research
on ISAC system has attracted wide attention in academia and
industry.

Due to the scarcity of spectrum resources and the require-
ment to improve the utilization of spectrum bands, cogni-
tive radio (CR) originally proposed by Dr. Joseph Mitola
has attracted wide attention [7], where unlicensed spectrum
bands are utilized. At present, unlicensed spectrum bands
are also used in mobile communication systems, evolving
into long term evolution-unlicensed (LTE-U) and 5G new
radio-unlicensed (5G NR-U) [8]. Hence, the ISAC technology
enabled mobile communication system will work in non-
continuous spectrum bands [9]. For the communication of
unlicensed users, the non-continuous time-frequency domain
resources will inevitably bring about a decrease in the com-
munication rate. However, this is beneficial for the total
system spectrum resources utilization. In terms of sensing for
unlicensed users, the non-continuous of spectrum bands will
lead to the degradation of anti-noise performance, resolution,
and deterioration of Fourier sidelobes with conventional ISAC
signal processing algorithms. Hence, enhancing the sensing
capabilities in non-continuous spectrum bands face two sig-
nificant challenges: the decline of signal-to-noise ratio (SNR)
and deterioration of Fourier sidelobes.

In view of the challenges existing in the ISAC system over
non-continuous spectrum bands, the solutions are primarily
focused on signal design and signal processing, which are
summarized in Table [

Signal design: The orthogonal frequency division multiplex
(OFDM) pilot signal, as a typical non-continuous signal, has
been studied in the perspectives of pilot design and pilot
optimization. In terms of pilot design, Chen [10] designed a
time-frequency continuous pilot structure with low parameter
estimation error and high anti-noise capability. However, this
method has poor anti-noise performance. Bao et al. [11]]
exploited superimposed pilots to realize target sensing with
limited energy and high detection probability. In terms of
pilot optimization, Liu er al. [[12] optimized the pilot struc-



TABLE I: Classification and comparison of studies under unlicensed spectrum bands

Categories under non-continuous - . Enlightening for solving challenges
Reference Superiority Shortcoming . .
spectrum bands in unlicensed spectrum bands
l10] Overcomigg sidelobes deterioration; Poor anti-noise performance X
sensing range unchanged;
Signal design -] Existence of sidelobes deterioration Excelgm anti-noise perfor;nance X
. . L ow convergence an
{12}, 413} High accuracy in target estimation performance loss for n%ulti-targel detection x
[14] Fast convergence High complexity X
115} Overcome sidelobes deterioration Amplify the effects of noise 4
[16] High sensing resolution Reduction of maximum unambiguous range X
{17) Overcome deterioration of sidelobes Hard to overcome deterioration of X
Signal processing for range est'imation. sidelobes fqr veloc'ity estimfltion
fis) Overcome deterioration of sidelobes Not applicable in dynamic v/
for range and velocity estimation time-frequency domain scenarios
l9] Suitable for dynamic Hard to overcome deterioration of v/
time-frequency domain resource scenarios | sidelobes for range and velocity estimation

ture by minimizing the Cramér-Rao bound in the scenario
of single target detection. Tzoreff et al. [[13] optimized the
pilot matrix by minimizing the maximum eigenvalue of the
Cramér-Rao bound. Both of these researches applied the semi-
definition relaxation (SDR) to release rank-1 constraint. How-
ever, SDR-based optimization algorithm performs poorly on
multi-objective detection problems. To this end, Huang et al.
[14] replaced the rank-1 constraint with a tight and smooth ap-
proximation, and applied the majorization-minimization (MM)
method to solve the pilot optimization problem. The above
work focuses on designing and optimizing the signal structure
to avoid the problems caused by discontinuity. However, in the
unlicensed spectrum bands, the spectrum bands occupancy is
dynamic and random, making it difficult to avoid discontinu-
ities through signal design.

Signal processing: Schweizer ez al. [[15] exploited a stepped
OFDM signal for sensing, which is non-continuous in time-
frequency domain. Then, the range phase error due to dis-
continuity is compensated by modifying the standard discrete
Fourier transform (DFT). However, the method amplifies the
effect of noise on the estimation error. Sturm et al. [16] con-
sidered the multi-user multi-input multi-output (MU-MIMO)
radar and used equally spaced subcarriers per user to achieve
full bandwidth sensing resolution. However, this method has
the disadvantage of reduced maximum unambiguous distance.
To overcome this disadvantage, Hakobyan et al. [17] used
non-equidistant dynamic subcarriers instead of equally spaced
subcarriers. Furthermore, an optimized subcarrier interleaving
(SD) scheme is proposed to maximize sidelobes reduction while
addressing the deteriorating effect of dynamic subcarriers
on sidelobes. However, this approach cannot overcome the
deterioration of sidelobes in velocity estimation. To this end,
Knill er al. [18]] presented frequency-agile sparse OFDM
radar and applied a two-dimensional (2D) compressed sensing
(CS) method to obtain the complete range-velocity profile.
This method can be applied in the sparse time-frequency
domain, but not flexibly to adapt the time-varying unlicensed
spectrum bands. To this end, Wei et al. [|19] presented a ISAC
processing method under the dynamic change of available
subcarriers. Specifically, the configuration information of the
resource block group (RBG) in 5G new radio (5G NR) is
extracted to obtain the spectrum judgment sequence. This
sequence is then used to zero the non-data parts of the

channel information matrix and perform a 2D fast Fourier
transform (2D FFT) to estimate range and velocity of target.
Simulation results show that the improved 2D FFT algorithm
enhances the anti-noise performance of target sensing on non-
continuous spectrum bands. However, it doesn’t solve the
problem of deterioration of sidelobes. Overall, it is obvious
that the above studies provide references in terms of ISAC
signal processing under non-continuous spectrum bands. For
example, CS-based sensing methods are more suitable for
sensing under non-continuous spectrum due to the tolerance
of signal processing in undersampling. Utilizing the RBG
information update processing method in 5G NR is more
suitable with dynamically changing systems. However, the
above method is not applicable to the sensing processing
of ISAC systems under both non-continuous spectrum and
time-varying time-frequency resource allocation. Therefore,
the ISAC signal processing with the capabilities of anti-noise
and low sidelobes in dynamic unlicensed spectrum bands is
still challenging.

In this paper, we propose a high-precision CS-based ISAC
signal processing algorithm combined with machine learning
to improve sensing performance. This study focuses on mobile
communication system, adopting OFDM as the ISAC signal,
which is the standard signal of mobile communication system.
The OFDM ISAC signals in the non-continuous spectrum
bands are collectively referred to as non-continuous OFDM
(NC-OFDM) signals. To ensure mutual non-interference be-
tween users and optimal allocation of resources, the spec-
trum occupancy information is mapped in the RBG resource
block, and the spectrum occupancy can be obtained by simple
operations such as unmapping and demodulation [20], [21].
Therefore, we extract the spectrum occupancy sequence from
the RBG configuration information in 5G NR and partially
zero the channel information matrix according to the process-
ing method in [19]. Then, we apply the proposed CS-based
2D FFT algorithm in parameter estimation on the processed
channel information matrix. This algorithm is combined with
machine learning techniques to search for optimal parame-
ters. Ultimately, we obtain a power spectrum with minimal
sidelobes and an enhanced signal-to-noise ratio (SNR). It is
worth noting that there are existing CS methods such as off-
grid, on-grid, and one to three dimensional [22]]. However,
the CS-based sensing method proposed in this paper includes



modeling and parameter optimization of the CS problem under
dynamic non-continuous spectrum band, which distinguishes
it from the existing CS methods. The main contributions of
this paper are summarized as follows.

e (CS-based high-precision sensing algorithm: Combining
the spectrum occupancy sequence information and CS
theory, we transform the target estimation problem into
a power spectrum reconstruction problem and use fast
iterative shrinkage-thresholding algorithm (FISTA) [23]]
to solve it. Thus, high-precision sensing is achieved un-
der dynamic, stochastic, and non-continuous unlicensed
spectrum bands.

e Machine learning-based parameter optimization: The
K-fold cross validation (KCV) is applied to select the op-
timal regularization parameter A to realize faster conver-
gence speed and a smaller reconstruction error compared
with the traditional methods without machine learning.

e Algorithm superiority: Simulation results show that the
proposed CS-based ISAC signal processing algorithm
has a higher peak-to-side lobe ratio (PSLR) and better
anti-noise performance in non-continuous spectrum bands
than the conventional sensing algorithm. We provide the
optimal regularization parameter for the SNR between 0
dB and 10 dB, which results in a power spectrum with
zero sidelobes.

The rest of this paper is arranged as follows. Section
introduces the NC-OFDM-based ISAC signal model and CS
theory. Section [[II| presents the ISAC signal processing over
unlicensed spectrum bands. Section reveals the optimal
choice of the regular term A and the sensing performance
analysis. Section |V| shows simulation results demonstrating
improved anti-noise performance and PSLR of target estima-
tion under non-continuous spectrum bands using the proposed
algorithm. Finally, this paper is summarized in Section

Notations: {-} typically stands for a set of various index
values. Black bold letters represent matrices or vectors. C**9
denotes the set of complex Q x O matrix. [-]" and (-)~" stand
for the transpose operator and inverse operator, respectively. o
and ® are the Hadamard and Kronecker product, respectively.
Il-llos || -1l1, and || - ||2 are the £o, £1, and £2-norm, respectively.
| - | is absolute value.

II. SIGNAL MODEL AND COMPRESSED SENSING
A. Signal Model

The ISAC signals based on NC-OFDM and continuous
OFDM have similar expression form. Assuming that the total
number of subcarriers in the NC-OFDM system is V. and the
set of available subcarrier numbers obtained with the assis-
tance of the spectrum sensing module is Q C {1,2,--- , N},
the baseband transmit signal at the transmitter (TX) is ex-
pressed as [24]

Msym N,

Z Z A m €Xp (27 frt)

m=1n=1 (1)

X rect <t — MLy + TSym) )
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where m € {1,2,---, Mymn} represents the index value of
an NC-OFDM symbol in total Mg, NC-OFDM symbols,
and n € () represents the sequence number of an available
subcarrier in total N. subcarriers, Toym = Tofam + Top i
the total duration of the NC-OFDM symbol, Tt is the
elementary NC-OFDM symbol duration, T, is the length of
cyclic prefix (CP). d,,, is the modulation symbol at the
m-th NC-OFDM symbol of the n-th subcarrier. f, is the
frequency of m-th subcarrier, which is n times of Af with
A f representing the subcarrier spacing [24], [25].

The ISAC signal based on NC-OFDM is reflected on the
surface of the target with a range of R and a Doppler frequency
shift fp = 2vg f./c is generated due to relative motion, where
v represents the radial velocity between the target and TX, ¢
is the speed of light, and f. represents the carrier frequency.
Then, the received signal at the receiver (RX) is expressed as
[24], [26]

ALym N,

y(t)NC—OFDM = Z Z am,ndm,n €xXp (.727Tfn (t - T))

m=1n=1
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_ T>
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where «,, , represents the channel coefficient at the m-th
OFDM symbol of the n-th subcarrier. 7 = 2R/c is the time
delay [27]. In [24], the improved signal processing algorithm
based on the radar signal processing algorithm in the symbol
modulation domain was proposed. In order to highlight the
influence of delay and Doppler frequency shift of target,
is rewritten as [24]

]\/[sym N,

y(t)NC-OFDM = Z exp (j271‘th) Z Am,n
m=1 n=1

X {dmm exp (—j27rfn2f> }

t — mToym + Toym — 22
x exp (j2m fpt) rect m__WR .
Tiym

3)

As shown in Fig the spectrum occupancy is dynam-
ically detected and the available subcarriers are allocated
to unlicensed users. At the radar component, the spectrum
occupancy information in the current N. subcarriers can be
obtained through the RBG configuration information module
in ISAC system based on NC-OFDM. The output result of
spectrum occupancy sequence module can be represented
by a spectrum occupancy se%uence A,, € CNx1 where
Ay, = [a1m,a2,m,  ,an.m] and []T represents transpose
operator. a;,, = 0 indicates that the ¢-th subcarrier of the
m-th symbol is unavailable, and a;,, = 1 indicates that
the i-th subcarrier of the m-th symbol is available. The
number of non-zero elements in A,,, is N,,, and N,, is the
number of subcarriers occupied at the m-th NC-OFDM sym-
bol. Finally, the radar sensing module integrates information
from the element-wise complex division module, the spectrum
occupancy sequence module, and the machine learning-based
parameter optimization module to estimate the range and
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Fig. 1: Structure of NC-OFDM ISAC system, with abbreviations CP: cyclic prefix, FFT: fast Fourier transforms, IFFT: inverse
fast Fourier transform, ADC: analog-to-digital converter, DAC: digital-to-analog converter, S/P: serial-to-parallel converter, P/S:

parallel-to-serial converter.

velocity information of target carried by the reflected signal.
It is worth mentioning that the compatibility between physical
layer and upper layers needs to be considered in ISAC system.

The spectrum occupancy of NC-OFDM ISAC system is

dynamic. Especially, ISAC system works in the unlicensed
spectrum bands and the spectrum switching will be performed
according to the spectrum switching component. The follow-
ing research is carried out in two scenarios [28], [29]. It is
crucial to note that the band for unlicensed users is called
the available band, while the band for licensed users is the
unavailable band.

e Scenario 1: As shown in Fig. 2] the spectrum bands
occupied by licensed users and unlicensed users are not
switched within the target sensing period.

e Scenario 2: As shown in Fig. [3] the spectrum bands
occupied by licensed users and unlicensed users are
switched within the target sensing period.

Given that the study of this paper employs the CS theory,

in order to facilitate the understanding of Section [T} the CS
theory is introduced in Section [[I-B]

B. Compressed Sensing Theory

CS is a technique for finding sparse solutions to overdeter-
mined linear systems. It allows the recovery of the original
signal with high accuracy using a small amount of undersam-
pling information by solving an optimization problem with a
measurement matrix orthogonal to the transformation matrix
301

Under an orthogonal basis i € , the transformation
of signal x is # = (¢0)Tx. If the number of non-zero elements
in the sparse vector € is equal to an integer K, the sparsity
of the signal x is called K-sparse. CS is applied to solve
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Fig. 2: Spectrum occupancy under scenario 1.
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Fig. 3: Spectrum occupancy under scenario 2.

the problem of reconstructing the original vector x from the
observed vector y, which is given by [30]

y = ®x = A0, @)

where y € CM*Y(M < N), x € CN*1, @ ¢ CM*N js a
measurement matrix, and A € CM*N = &) is called sensing
matrix. Solving @) directly is an ill-conditioned problem. If



M > K, and the sensing matrix A satisfies the restricted
isometry property (RIP) condition [30], the problem of
can be transformed into the minimum ¢, norm problem,
namely [31]]

mein 0]l st. A=y, )

where || - ||o represents the £y-norm.

The above problem is non-deterministic polynomial-time
hard (NP-hard) [31]]. There are several types of convex op-
timization algorithms, combinatorial algorithms and greedy
algorithms regarding the solution of the above problem.
Among them, convex optimization algorithms are able to find
the global optimal solution and are more stable [32]. [33]]
mentions that the solution of the minimum ¢y norm problem
is equivalent to the solution of the minimum ¢; norm problem
according to the sparsity of reconstructed signal and the corre-
lation of sensing matrix, namely, the non-convex optimization
problem is transformed into a convex optimization problem.
Then, () is transformed into [31]]

min0; st A0=y, (©)

where || - ||; represents ¢1-norm.

In practice, the observed vector y is generally contains noise
and (@) is transformed into y = ®x + ¢, where ¢ is a additive
white Gaussian noise (AWGN). Therefore, (6)) is transformed
into [34]

mein 10lh st. ||JAO —yl|2 <e. @)
By solving the above convex optimization problem, we achieve
the recovery of the original data from the undersampling data.
Regarding the solution of convex optimization problems in
compressed sensing, there are a large number of algorithms
that can be implemented, include basis pursuit (BP) [25], least
absolute sampling and selection algorithm (LASSO) [35] and
FISTA [23]. Meanwhile, the focus of this paper is not on
the optimization of the CS reconstruction algorithm, but on
the approach to transform the sensing signal model of this
paper into a CS reconstruction model, which will be solved
in Section

III. ISAC SIGNAL PROCESSING OVER UNLICENSED
SPECTRUM BANDS

In this section, the ISAC signal processing algorithm over
unlicensed spectrum bands is proposed. Specifically, we first
describe how to obtain the channel information matrix. Then
the sensing algorithms for range and radial velocity of the
target are presented, respectively. We denote this ISAC signal
processing method as “Joint CS and Machine Learning ISAC
Signal Processing Algorithm”, abbreviated as JCMSA.

In 2011, Sturm et al. [24] proposed the 2D FFT method,
which utilizes a 2D Fourier transform to estimate the velocity
and range of target. Velocity and range estimations can be
obtained by the modulation symbols sequence drx (m,n’) and
drx (m,n'), where n’ € {1,2,--- | N} represents the n'-th
subcarrier of the total [V, subcarriers in NC-OFDM system.
Observing (3)), the delay and Doppler frequency shift caused
by the target are independent in the modulation symbol [36].

Thus, the modulation symbol on the RX can be expressed as
[24]

) 2R
drx (mNe,n') =, ndrx (MmN, n') exp <—j2ﬂ'f7lbc>

x exp (72mrmTeym fp) -
®)
For a clear representation, the modulation symbols can be
converted to the matrix form, where each row represents a
subcarrier of the same frequency and each column represents
an NC-OFDM symbol. can be expressed as [37]]

(DRX)m)n/ = Om,n’ (DTX)m)n/ o (dr ® dV)m,n’ 3 (9)

where o denotes Hadamard product, and ® denotes Kronecker
product. Through an element-wise complex division, the chan-
nel information matrix (Dygiy)m,» is obtained by [37]

(DRX)m,n/
(DTX)m,n’

where the vectors d; and d, can be transformed into [[37]]

(Ddiv )m,n’ - = Om,n’ (dr ® dv) (10)

m,n’

2R
d.(n) = exp <—j27rf7’lc> , n'=1,...,N, (11)
and

o Myym

(12)
Finally, the range and radial velocity of target can be obtained
by applying and to perform inverse discrete Fourier
transform (IDFT) and discrete Fourier transform (DFT) [24].
When the ISAC-based mobile communication systems work
on unlicensed spectrum bands with spectrum occupancy as
shown in Fig. [2] and Fig. [3] the 2D FFT method shows de-
terioration in sensing performance. Specifically, the spectrum
holes caused by the non-continuous spectrum bands can lead to
deterioration of the Fourier sidelobes of the power spectrum
and degradation of anti-noise performance [38]. To address
the above problems, we proposed a novel algorithm, namely
JCMSA, which transforms the power spectrum estimation
problem into a compressive reconstruction problem, thereby
obtaining lower sidelobes and better anti-noise performance.

2
d,(m) = exp <j27rmTSyvafC) . om=1,..
c

A. Range Estimation Algorithm

First, we use modulation symbol division to obtain the
unprocessed channel information matrix. Due to the non-
continuous spectrum, the noise power of the unavailable points
in the unprocessed channel information matrix is amplified
[19]. To reduce the noise, we first extract the RBG configura-
tion information in 5G NR to obtain the spectrum occupancy
sequence A,,. Then, we combine A,, and the unprocessed
channel information matrix to set the unavailable points to
zero. The processed channel information matrix Dpg; for
scenario 1 is expressed as (I3).

In @), Sm,n and &y, v denote that the data and noise
after the modulation symbols have undergone element-wise
complex division, respectively. The position of the zero-
row vector in Dg; corresponds to the spectrum occupancy
sequence A,,. From (I0), it is revealed that the linear phase
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shift of range is only along the frequency axis. Therefore, by
processing the columns of Dy, the range of target information
can be obtained.

1) Compressive reconstruction of the power spectrum of
range: Dy is split into My, column vectors, with expres-
sions as follows.

DRI = (Y1>Y27"' yYms 7yngm)7 (14)

where y,, € CMX! is the m-th column vector of Dgj.
According to (I3), the position of the zero element in y,,
corresponds to the zero element in A,,, which is expressed
by

Ym = Ao Ym(tull)> (15)

where ., (tun) Tepresents the m-th column vector of the chan-
nel information matrix obtained from the OFDM signal that
occupies all subcarriers. According to 2D FFT algorithm, the
power spectrum of the range can be obtained by performing
IDFT on the column vectors of the channel information matrix.
Hence, the above operation can be expressed by

Uy l) = Pm, (16)

where ¥ € CNexNe g IDFT matrix, and P,, € CNex1
represents the power spectrum of range. Given that ¥ is an
invertible square matrix, (I6) can be transformed as

Ym(full) = ‘Ililea (17)

where (-)~1 is the inverse operator.

Substituting (I7) into (I3), and expanding A,, into the
matrix A’,,, € CNeXNe for Hadamard product operation with
¥, we have

Ym=Apno (¥T'P,) = (A, o P,

where A’,,, = (A, A, -+, Ay Define a selection matrix
S,, € CNmxNe {9 filter out the valid data on the m-th NC-
OFDM symbol, and the intuitive filtering process is shown in
Fig. @] Multiplying both sides of (I8) by S,,, we can get

(18)

ylm = Juma (19)
where
ylm = S'mYm
20
{Jm € NN =8, (A, 0 01) 20

The problem of solving (T9) is equivalent to (). According
to the CS theory in section [[I-B] the above problem can be

solved if the following two conditions are satisfied.

Condition 1: P,, is a sparse vector.

Condition 2: The sensing matrix J,, satisfies RIP.

Due to the limited number of targets in radar sensing, one
target corresponds to a peak in range-velocity profile, so that
radar signals are sparse in range-velocity profile space [18]].
Therefore, P, is a sparse vector. According to @) it is re-
vealed that J,, is a partial DFT matrix. It is shown in [39] that
the partial DFT matrix satisfies the RIP. Thus, (I9) can satisfy
the condition for accurate reconstruction of the spare vector
P,,. The received signal usually contains AWGN, where the
sparse power spectrum can be obtained by solving (7). In this
paper, the FISTA [23] is used to undergo the solution, and the
power spectrum P, of range is finally obtained after several
iterations by choosing a suitable regularization parameter .
Details about the FISTA and parameter selection are given in

section [[V1
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Fig. 4: The process of selecting valid data.

2) Range estimation process: With the following four steps,
the unprocessed channel information matrix can be used to
estimate the target’s range information.

o Step 1: The processed channel information matrix (e.g.,
Eq. (T3)) is obtained by modulation symbol division and
the spectrum occupancy sequence A,,.

o Step 2: For each non-zero column vector y,, of the
processed channel information matrix, the FISTA is used
for solving (I9) to obtain P,,.

o Step 3: To improve anti-noise performance, we accu-
mulate and normalize M, range power spectra, where



M, < Mgy represents the number of non-zero column
vectors y,,. Given that the velocity of target is unknown
and the phase of M, range power spectra are not aligned,
the accumulation is non-coherent.

« Step 4: The peak of power spectrum is searched to obtain
the peak index value kq, which is substituted into to
get the range of target

The improved range estimation algorithm is given in
where D’k (:,m) denotes the elements on each row
and the m-th column of D'y

In terms of target range estimation, the algorithm proposed
in this paper is suitable for the scenario where the spectrum
bands are dynamically changed and only the spectrum occu-
pancy at each moment needs to be known. Therefore, this
algorithm is highly adaptable.

ey

Algorithm 1: Improved Range Estimation Algorithm

Input:  Unprocessed channel information matrix Dg;
Spectrum occupancy sequence A,,, m € {1,2,-- .,Mbym};
Selection matrix S,,;
The sensing matrix J,,, for compressive reconstruction;
Regularization parameter \;
The number of NC-OFDM symbols Mym;
The total number of subcarriers N;

Output: The range of target R.

Part 1

1: Initialize the processed channel information matrix D' € CNe>*Mum;
2:  For Dr m in My, do
3: The m-th column vector of Dg and A,, are performed

the Hadamard product;

4: Results of the 3-th step are assigned to D'g(:,m);
5: End For
6: Obtain D'y;

Part 2

7:  Initialize a range power spectrum P € C**™ and i = 1;
8: For D'g m in My, do
9: If the m-th column vector of D’g > 0 do

10: Set the regularization parameter A according to Table |[V|and
11: Set the maximum number of iterations I,y
12: Set the threshold of iterations error ©;
13: The m-th column vector of D’g and selection matrix S,,,
perform to obtain 1/,,;
14: Take P, = 2 € R, ¢ = 1;
15: While error(k + 1) — error(k) > © and k < Iy, do
16: 2y, = pr(Py) according to Table
17: tyy = SV
18: Pry1= 2k + (n =) (2 = Zr-1)s
19: error(k+ 1) = [[Jm 2k — 1/ 123
20: End While
21: Obtian the reconstruction data Z;
22: P =P + |Z|, where | | is an absolute value;
23: i=1i4+1;
24: End If
25: End For
26:. P=P/i;
Part 3

27:  Search for the peak value of P and get the peak index value;
28:  Substitute the index value into ;

B. Velocity Estimation Algorithm

Since the Doppler effect causes a linear phase shift along the
time axis, the target’s velocity can be obtained by processing
row vectors of the channel information matrix. Firstly, the
processed channel information matrix need to be obtained.
However, unlike the range estimation algorithm, A, cannot
be directly used for Hadamard product. Therefore the spec-
trum occupancy sequences in Mgy, symbol times need to be
processed.

Firstly, the matrix Z € CNeXMsm jg obtained by arranging
the spectrum occupancy sequences A, in Mgy, symbol times
in rows.

Z= (A1, Az Ay, A, -

Then, Z is Hadamard product with the corresponding unpro-
cessed channel information matrix to obtain the processed
channel information matrix. The processed channel informa-
tion matrix Dy under scenario 2 is expressed as (23), where
Gm,n’ represents that the data after the modulation symbols
have undergone element-wise complex division.

(22)

1) Compressive reconstruction of the power spectrum of
velocity: The matrix Z is divided into N, row vectors and
the n’-th row vector is denoted by U,,,. The same operation
is used for the matrix Dy to obtain the row vector k,,, of
its n’-th row. The derivation of the equation is performed
below, which is transformed into column vectors in order to be
consistent with the derivation of the range estimation. Similar
to (I3), (I6) and (I7), we obtain the relationship in terms of
velocity

(k)T = (Up)T 0 (ks ()™, (24a)
Ky X = Qur, (24b)
Ky () = Qu X1, (24¢)

where k,,/ gy is the n’-th row vector of the channel infor-
mation matrix obtained from the OFDM signal that occu-
pies all subcarriers, ¥ € CMsm*Msm js DFT matrix, and
Q. € CY*Msm represents the power spectrum of velocity.
Substituting into (24a), and expanding U, into matrix
U/, € CMym*Myn for Hadamard product operation with Y,
we can get

(k)T = (U,)T 0 (Qu X 1)T
— (U)o [(X)T(Qu)"]
— (U)o (r )T (@)t P
= (U'p oYX~ 1) Q)7

where U',, = (U, , Uy, --- 7Un/)T Define a selection
matrix G, € CMn'*Msm to filter out the valid data on the
n/-th subcarrier. M,,s is the number of valid data in the n’-th
subcarrier and the intuitive filtering process is similar to Fig.
Multiplying both sides of by G,./, we have

K =Fu(Qu)", (26)

where
k/n/ = G’ﬂ,' (kn/)T

27
Fn/ & (CMn’XJ\/[*Y'“ = Gn/ (U,n/ o Tﬁl)T ( )

Since the sensing matrix F,. is a partial IDFT matrix
and (k, )T is a sparse vector, the conditions for accurate
reconstruction of the spare vector Q,,/ are still satisfied. The
FISTA is applied to solve the optimization problem.

2) Velocity estimation process: With the following four
steps, the unprocessed channel information matrix can be used
to estimate the target’s velocity information.

o Step 1: The processed channel information matrix (e.g.,
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(23)

Eq. (23)) is obtained by an element-wise complex divi-
sion and the matrix Z.

o Step 2: For each non-zero row vector k,, of the processed
channel information matrix, the FISTA is applied to
obtain Q.

« Step 3: To improve anti-noise performance, we accumu-
late and normalize N, velocity power spectra. N, < N,
is the number of non-zero row vectors k,, . Given that
the range of target is unknown and the phase of Ny
velocity power spectra not aligned, the accumulation is
non-coherent.

« Step 4: The peak of power spectrum is searched to obtain
the peak index value [y, which is substituted into @) to

get the velocity of target.
. c
vp=————(p—1). (28)
2Msystymf c
The improved velocity estimation algorithm is given in [Algo-|
rithm 2|
When the input y,, or k,,+ is a vector without zero elements,
such as the first row vector under scenario 1, there is no
deterioration of sidelobes due to the zero elements. However,
using the FISTA can achieve the effect of noise reduction, and
the noise reduction can also improve PSLR [40].

IV. THE SELECTION OF A AND SENSING PERFORMANCE
ANALYSIS

In this section, the KCV in machine learning is applied
to find the optimal value of A, which results in a faster and
more accurate reconstruction capability for JCMSA. Then, the
impact of JCMSA on sensing performance, including SNR
gain, resolution, and computational complexity, is analyzed.

Algorithm 2: Improved Velocity Estimation Algorithm

Input:

Output:
Part 1:

Unprocessed channel information matrix Dv;

Spectrum occupancy sequence Ap,,m € 1,2, -+, Mym;
Selection matrix G,,/;

The sensing matrix F,,; for compressive reconstruction;
Regularization parameter \;

The number of NC-OFDM symbols Myn;

The total number of subcarriers N¢;

The velocity of target .

Initialize a matrix Z € CNe*Mom,
For Z m in My, do
The m-th sequence A,, is assigned to Z(:,m);
End For
Obtain Z;

Initialize the processed channel information matrix D'y € CNeX Miym,

The result of Dy and Z are performed a Hadamard product
is assigned to D'y (3, :);
Obtain D'vy;

Initialize a velocity power spectrum Q € C**Msn and i = 1;
For D'y n’ in N, do
If the n/-th row vector of D’y > 0 do
Set the regularization parameter A according to
Table and Table
Set the maximum number of iterations Ijax;
Set the threshold of iterations error ©;

The n'-th row vector of D’y and the selection matrix G/

perform (27) to obtain K',,/;

Take Py = Z2 € RMom ¢ =1;
While error(k + 1) — error(k) > © and k < Iy do
2, = pL(Pr);
=
thpr = 32
Pry1=Zr+ Lfk:]l) (Zk — Zr—1);
error(k + 1) = [Py 2y — Kol
End While
Obtain the reconstruction data Z;
Q=Q+(2)";
i=1+1;
End If
End For
Q=Q/i

Search for the peak value of Q and get the peak index value;
Substitute the index value into m;




A. The Selection of A based on Machine Learning

FISTA is a fast algorithm used to solve linear inverse prob-
lems and can also be applied to CS reconstruction problems.
For the mathematical model of the solution of , it can be
transformed into an equivalent mathematical model [32]

1
min | A9 — |3 + A6l (29)
where ||-||2 represents the ¢5-norm, and \ is the regularization
parameter [23]. This is a least square optimization problem
with an ¢; regularization term. The FISTA is used for solving
such problems are shown in Table

TABLE II: FISTA with a constant stepsize [23].

Input: L = L(f) : A Lipschitz constant of /.
Step 0. Take y; =x9 € R", ¢; = 1.
Step k. (k > 1) Compute

x; = pr(yr),

14+4/144t,2

lht1 = -2 >

Yit1 = Xg + (tf’;;l)(xk - Xp-1),
where

. 2
pr(y) = argmin {g(x) +Lx=(y -1V },
9(x) = Mxl1 ,

Since the A effects solution stability and approximation
ability, choosing the appropriate regularisation parameter is
beneficial to obtain the optimal reconstruction. The selection
of the optimal A is achieved by using the KCV technique in
machine learning applications [35]].

In KCV, the dataset is divided into K folds, a model is
learned using K — 1 folds, and an error value is calculated
by testing the model in the remaining fold. Finally, the KCV
estimation of the error is the average value of the errors
committed in each fold [41]]. In this paper, the training set
is not used for training as the mathematical model is already
given, e.g., Eq. (29). We reconstruct the test set using the
FISTA in each iteration and use the reconstruction error and
the speed of convergence as scores to select the optimal .

e Dataset selection: For the input dataset, we use the
processed channel information matrix as the observation
dataset, e.g., Eq. (I3). The sparse power spectrum is also
used as the ideal reconstruction dataset and the sensing
matrix is used as the sensing matrix dataset, e.g., J,,, or
F,.

o Trade-offs for rewards: We use reconstruction error and
convergence speed as a bonus (or score), both of which
are 90 % and 10 %, respectively. The goal is to find the
optimal A for different SNRs within an interval of A using
on-grid searches of different step sizes.

A detailed flow chart for the selection of A is shown in Fig.
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KCYV process
blocks
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set steps
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FISTA using observation
training set, sensing

Output the optimal matrix training set and A

value of Calculating
reconstruction error and
l convergence speed
,,,,,,,,,,,,,,,,,,,,,,,,,,
Output

Fig. 5: The flow chart for the selection of .

B. Sensing Performance Analysis

1) SNR performance: An important performance metric
is the SNR of radar estimation [42]]. We take the channel
information matrix in scenario 1 as the scenario of SNR
performance analysis, and the channel information matrix in
other scenarios can be similarly analyzed using the following
procedures.

The SNR gain with JCMSA processing has three contri-
butions: the gain generated by DFT or IDFT processing, the
gain generated by FISTA processing, and the gain generated by
non-coherent accumulation. Given that the gain from FISTA
processing is related to the regularisation parameter and the
Lipschitz constant [23]], which is adjusted according to the op-
timization model and the practical SNR situation. We assume
that the gain produced by FISTA processing is w (o > 0).

The assumptions for performance analysis are as follows.

1) SNR is defined as , where P(z) and Pyise denote
the power of signal and noise, respectively. N is the
number of sampling points of z in Py(x).

2) In scenario 1, a total of N,,, (N, < IN;) subcarriers are
available. Consider D, as the matrix of unprocessed
channel information under scenario 1, and the element
Ky in Dy is written as , where K7, . and
Em,n’ are the signal and noise component in K, ,,
respectively.

3) Suppose that the modulus of K, . in each element of

matrix Dy is h, while the variance of noise component
Em,n’ is h2(72.

_ Pg(x)
SNR = Pnoise ’
N—-1 2
) = 2o [z (p)] ’ (30)

N

x is the discrete signal sequence.

{ Em,n’s Km,n in licensed point,
m,n’ —

K,’n)n, + €m,n/s Kom s in unlicensed point .
(3D



Theorem 1: When FISTA finds the optimal parameter A, the
SNR gain with FISTA is @ > 0, and hence we have

JCMSA T m
—— 19) 2D FFT
(32)

Proof: In the following, we first derive the SNR gains for
range and velocity with JCMSA processing, and then give the
SNR gains with conventional 2D FFT processing and the SNR
gains with improved algorithm processing in [[19]]. The results
show that the JCMSA proposed in this paper has better SNR
performance gain.

The SNR gain of range with JCMSA processing is derived
as follows.

e Step 1: After the Part 1 in each column

vector of matrix ﬁRl contains A, signal elements and
N,,, noise elements.

o Step 2: The Part 2 in contains three op-
erations: IDFT, FISTA, and non-coherent accumulation.
After the IDFT on each column vector, the SNR of each
column vector is N,, / o2. Then using FISTA, the SNR is
improved to (N, /0?) + .

o Step 3: It is not possible to directly compute an SNR after
non-coherent accumulation from [43]]. Therefore, in this
paper, the non-coherent accumulation gain is assumed to
be VE, where E is the number of symbols undergoing
non-coherent accumulation. In scenario 1, there are Mgy,
symbols for non-coherent accumulation. Thus, after the
non-coherent accumulation, the SNR of output signal is
VMym [(Nin/0?) + ].

The SNR gain of velocity with JCMSA processing is

derived as follows.

o Step 1: After the Part 1 in the noise
elements of the unavailable subcarrier positions in Dgy
are zeroed out.

« Step 2: The Part 2 in contains three opera-
tions: DFT, FISTA, and non-coherent accumulation. After
the DFT on each row vector, the SNR of each row vector
is Myym/0?. Then after FISTA, the SNR is improved to
(Myym/0?) + w.

e Step 3: Unlike the non-coherent accumulation of
range, the number of accumulations is the number of
available subcarriers, i.e., N,,. Thus, after the non-
coherent accumulation, the SNR of output signal is
VN [(Msym/UQ) + w]'

For the conventional 2D FFT algorithm, IDFT is performed
on a column of Dg; to obtain the range power spectrum,
and DFT is performed on a row to obtain the velocity
power spectrum. Thus, the SNR for range and velocity of
the output signal after the conventional 2D FFT algorithm are
N2 /(Neo?) and Myym /o2, respectively.

For the improved algorithm in [19], only the FISTA gain
is missing compared to JCMSA. Hence, the total SNR gain
results are just missing . ]

Theorem 2: When the input signal-to-noise ratio is lower than
-15 dB, it is difficult to find the optimal FISTA parameter A,
i.e. o =~ 0. Thus, we have

vV Meym (%) 2 Msy;Nm > N , (range)
o o N.o?
JCMSA 119] 2D FFT
VNm (%;"“) 2 \/N;gé\fsym > Z\is;m . (velocity)
JCMSA 9] 2D FFT

(33)
Proof: Observing the in we notice that
the only difference between the SNR gains of JCMSA and
improved algorithm in [19] is w. Therefore, When w ~ 0,
the JCMSA and improved algorithm in [[19] have similar SNR
gains, both of which perform better than the conventional 2D
FFT algorithm. n
2) Resolution performance: As depicted in Fig. [f] two
extreme cases of spectrum occupancy have been selected to
facilitate the analysis of resolution.

available
@ : (unlicensed point)

unavailable
CJ: (licensed point)

available
@3 : (unlicensed point)

unavailable
[CJ: (licensed point)

frequency
frequency

time time

(a) Continuous occupancy of N:/2 (b) Continuous occupancy of Msym/2
subcarriers within a sensing frame. = NC-OFDM symbols within a sensing
frame.

Fig. 6: Dynamic changes in spectrum occupancy.

For conventional 2D FFT algorithm, the resolution of the
range is not affected by the waveform used or the specific
parameterization of the NC-OFDM system [44]. It is solely
determined by the bandwidth occupied by the transmit signal
[45]. Therefore, When the spectrum occupancy of the ISAC
system is distributed as shown in Fig. the range resolution
of the conventional 2D FFT algorithm is

ARy = (2D FFT algorithm). (34)

c
Af x N,
Given that the velocity resolution is related to the total
duration of the sensing symbols. Therefore, when the spectrum
occupancy of the ISAC system is distributed as shown in
Fig. the velocity resolution of the conventional 2D FFT
algorithm is

c

Tsym f M, sym

In the JCMSA-enabled ISAC system working on unlicensed
spectrum bands, the sensing performance under full bandwidth
or full sensing symbols can be obtained, thereby maintaining
the maximum resolution, e.g., Eq. (36).

Avogsry = (2D FFT algorithm). (35)

C
Achmsa R YNINE
JCMSA 2AfNe (36)

Vjcmsa =

2T§ym fc Mﬁym ’



TABLE III: Simulation parameters [19], [20], [37], [44]

Symbol Parameter Value
N, Number of subcarriers 512
N Number of occupied subcarriers 256

Miym Number of symbols 14
fe Carrier frequency 24 GHz
Af Subcarrier spacing 15 KHz
Totdm Elementary NC-OFDM symbol duration 66.67 us
Tep Cyclic prefix length 16.67 ps
Toym Total duration of NC-OFDM symbol 83.34 us
R Range of the target 117 m
v Velocity of the target 13 m/s
K Number of folds in KCV 14

3) Computational complexity: As one of the performance
metrics, the computational complexity is equally treated as
a reflection of the sensing performance. The computational
complexity of the three algorithms will be given and analyzed
as follows.

e 2D FFT method: The computational complexity of
range and velocity estimation is O (NCQ) and O (Mfym),
respectively.

e The method in [19]: The computational complexity
of range and velocity estimation is O (NZMyy) and
O (Mg, Ne), respectively. Compared to 2D FFT method,

this method increases the computational complexity of
coherent accumulation operation.

o JCMSA: Different from the previous two algorithms,
the JCMSA needs to analyze the computational com-
plexity of FISTA. For an input matrix of A x A/,
the computational complexity of FISTA is O (./\/ 2Niter),
which includes gradient descent operation, soft threshold
calculation and update iteration operation, where Njp,
represents the number of iterations. Therefore, the com-
putational complexity of range and velocity estimation
for JCMSA is O (N2 MgymNier) and O (M2, NeNieer).
respectively.

The above analysis shows that JCMSA has the highest
computational complexity. For algorithm design, high sensing
performance often requires sacrificing other aspects of per-
formance. Therefore, the method proposed in this paper is to
sacrifice the computational complexity of the algorithm for
better sensing performance.

V. SIMULATION RESULTS AND ANALYSIS

In this section, NC-OFDM ISAC signal is applied to sense a
surrounding target with a relative velocity of 13 m/s and a rel-
ative range of 117 m. The simulation parameters are shown in
Table[[TI] In order to show the performance improvement of the
JCMSA proposed in this paper, we evaluate the performance
of the parameter estimation of target in terms of both power
spectrum and root mean square error (RMSE), respectively,
and compare the JCMSA with the improved algorithm in [[19]
and the conventional 2D FFT algorithm.

In the simulation, the optimal regularization parameter A
for different SNRs is obtained by 14-fold KCV. Table [[V|and

Table [V| show the optimal parameters of range and velocity
estimation for different spectrum occupancy scenarios, respec-
tively. Simulation results for the power spectra and RMSE are
revealed as follows.

A. Power Spectra

In this subsection, we use the parameters in Table in
simulation, revealing the range and velocity power spectra for
two scenarios.

Fig. [7| and Fig. [§] show the results of the power spectra
for scenario 1 and scenario 2 respectively. The simulation
results show that the peak index value of the range power
spectrum is ind, = 7 and the peak index value of the velocity
power spectrum is ind, = 3. The estimated range of the
target is 117.1875 m and the estimated velocity is 13.3929 m/s
when substituted into and , respectively. Meanwhile,
it is revealed from Fig. Fig. and Fig. that the
spectral discontinuity worsens the power spectral sidelobes,
and the worst PSLR is -6.4 dB, and the improved 2D FFT
algorithm in [19] cannot solve this problem. while the JCMSA
proposed in this paper can always maintain zero sidelobes. For
the case shown in Fig. the sidelobe deterioration does not
occur as there are no spectrum holes when velocity estimation
is performed. However, the JCMSA proposed in this paper is
able to perform a denoising effect and improve the PSLR to
a greater level than other algorithms.

B. RMSE

RMSE is the parameter used to reveal the error between
the estimated value and the real value [46]]. With the same
simulation parameters, this subsection compares the RMSE
of range and velocity estimation under the three algorithms
above. In this simulation, there exist theoretical upper and
lower bounds for the RMSE of range and velocity due to the
influence of spectrum resources and algorithms. According to
the simulation parameters, @ and @) the upper and lower



TABLE IV: Optimal A for target estimation under scenario 1. TABLE V: Optimal A for target under scenario 2. The step
The step size of A for range estimation is 100 and the interval size of A for range is 100 and the interval is [1, 10000]. The
is [1, 10000]. The step size of A for velocity estimation is 0.02 step size of A for velocity is 0.02 and the interval is [1, 5].

and the interval is [1, 5].
Range estimation under scenario 1 Range estimation under scenario 2
SNR (dB) | 0 1 2 3 4 5 6 7 8 9 10 SNR (dB) | 0 1 2 3 4 5 6 7 8 9 10
optimal A | 5401 | 5601 | 5001 | 4601 | 5401 | 5201 | 5001 | 5601 | 5601 | 5601 | 5201 optimal A | 2501 | 3501 | 4501 | 3001 | 5001 | 4001 | 4801 | 5101 | 5201 | 5601 | 5101
Velocity estimation under scenario 1 Velocity estimation under scenario 2
SNR (dB) | 0 1 2 3 4 5 6 7 8 9 10 SNR (dB) | 0O 1 2 3 4 5 6 7 8 9 10
optimal A | 2.16 | 1.56 | 1.54 | 1.08 | 12 | 1.12 | 0.74 | 068 | 1.16 | 1.7 | 15 optimal A | 1.32 | 1.70 | 1.44 | 128 | 092 | 1.20 | 1.10 | 1.46 | 1.70 | 1.56 | 1.54
1 T 1
......... JCMSA seeeees JCMSA
0.9 — = ‘Improved 2D FFT algorithm in [19] | | 0.9 — = ‘Improved 2D FFT algorithm in [19] | |
08 Conventional 2D FFT algorithm 08 Conventional 2D FFT algorithm

Fed
9

e
>

o
in

I~
'S

W

S

Power spectrum for range estimation (10dB)

0
0

0.254

10 20

e

500

100 200 300

Index

400 600

(a) Range estimate at SNR of 10 dB.

L A~ A
w n ono&n 9 x e

S

Power spectrum for velocity estimation (10dB)

<

e
1

= = Improved 2D FFT algorithm in [19] | |
Conventional 2D FFT algorithm

1
1p = LN

<

(b)

Fig. 7:

Index

Velocity estimate at SNR of 10 dB.

Power spectrum under scenario 1.

bounds are obtained as follows.
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Fig. 0] and Fig. [I0] show the results of the RMSEs of
range and velocity estimations under scenario 1 and scenario
2, respectively. According to the simulation results, three
conclusions are drawn as follows.

1) The JCMSA and the improved algorithm in have
similar anti-noise performance. The anti-noise perfor-
mance and SNR gain are correlated. When the input
SNR is low, the JCMSA and improved algorithm in
have similar SNR gains, which is proved in [Theorem 2]
Thus, both algorithms show similar anti-noise perfor-
mance when the SNR is less than —15 dB.

2)

The JCMSA has better anti-noise performance than con-

ventional 2D FFT algorithms, because the SNR is larger



than conventional 2D FFT algorithm with JCMSA,
which is proved in [Theorem 1| and [Theorem 2|

3) When the SNR is below —25 dB, the estimated RMSE
is mainly affected by noise, so that the average error of
the RMSE hardly reaches the theoretical upper bound
((374), (38a)). When the SNR is higher than a certain
value, the estimated RMSE depends on the resolution.
The theoretical lower bound of the RMSE is also de-
termined by the resolution, so that the estimated RMSE
can reach the theoretical lower bound ((37b), (38b)).
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Fig. 9: RMSE under scenario 1.

Since all of them perform periodogram estimation, the
RMSE will reach the lower bound when SNR is high. There-
fore, the performance comparison of the three methods in
the case of high SNR cannot be obtained. To this end, we
break the lower bound of the periodogram by matching the
obtained data with the delineated grid [47]], thereby obtaining
the performance comparison of the three methods in the case
of high SNR. It should be declared that this operation was
performed for all three methods, so that the comparison of the
three methods is still fair.

Fig.[[T]and Fig.[12] show the results of RMSEs of range and
velocity estimation with SNR greater than -15 dB. As shown
in Fig. [T1(a)] and Fig. [I2(a)] the accuracy of range estimation
is maximally improved by 54.66 %, 84.36 %, compared with
improved 2D FFT algorithm in [19] and conventional 2D FFT
algorithm, respectively. As shown in Fig.[T1(b)| and Fig.[12(b)]
the accuracy of velocity estimation is maximally improved by
41.54 %, 97.09 %, compared with improved 2D FFT algorithm

T—e— Improved 2D FFT algorithm in [19]
—#— Conventional 2D FFT algorithm
—+—JCMSA

10°F

""" Upper bound
Lower bound

107 F

RMSE for range estimation (m)

X -20

X1 1
Y 0.1875 \

Y 0.1875

10°F

30 25 20 -15 <10 50 5 10
SNR (dB)

(a) RMSE for range estimation.

—6— Improved 2D FFT algorithm in [19]
—#— Conventional 2D FFT algorithm
—+—JCMSA
----- Upper bound

Lower bound

)
)

LR

RMSE for velocity estimation (m/s)

S
=

X 13

X-12 X14
Y 0.3929

Y 0.3929 8| Y 0.3929

-30 -20 -10 0 10 20 30
SNR (dB)

(b) RMSE for velocity estimation.

Fig. 10: RMSE under scenario 2.

in [19] and conventional 2D FFT algorithm, respectively.
Furthermore, the accuracy of range and velocity estimation
with the proposed algorithm in this paper is satisfy the required
for current scenarios [48]]. Simulation results prove that the
JCMSA is superior with a high SNR, which confirms with

Theorem 1l

C. Computational complexity

We have operated the three methods on simulation equip-
ment, where the CPU parameters of the simulation device is
13-th Gen Intel (R) Core (TM) i19-13900H. In addition, the
number of iterations of FISTA is Niyer = 1 x 103, and the
running time of the three methods under the above device is
given in Table [VI]

Table shows that the computational complexity of
JCMSA is much higher than the other two methods, which
is consistent with the theoretical analysis. The above running
time will be lower in the actual equipment and will not affect
the normal operation of the equipment.

TABLE VI: The computational complexity of sensing method

Computational complexity
JCMSA The method in [|19l
2.401 x 10° 1.282 x 10°

2D FFT method
545.5

Method

Run Time (us)
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VI. CONCLUSION

For the ISAC-enabled mobile communication system oper-
ating in unlicensed spectrum bands, conventional radar signal
processing algorithms suffer from sidelobes deterioration and
low anti-noise performance. To this end, the Joint CS and Ma-
chine Learning ISAC Signal Processing Algorithm (JCMSA)
is proposed in this paper, which aims to mitigate sidelobes
deterioration and enhance anti-noise performance. Specifically,
by combining the RBG configuration information in 5G NR
and CS techniques, which exploit the sparsity of the target
to reconstruct the complete radar map, the enhanced range
and velocity estimation algorithms are proposed. Then, the
FISTA algorithm is used to solve the convex optimization
problem, while KCV is employed to select the regulariza-
tion parameter to obtain zero sidelobes and better anti-noise
performance than conventional 2D FFT algorithm. Simulation
results demonstrate that the proposed algorithm overcomes
the deterioration of sidelobes. Meanwhile, the proposed algo-
rithms in this paper have a maximum improvement of 54.66
% and 84.36 % in range estimation accuracy, and 41.54 %
and 97.09 % in velocity estimation accuracy, compared with
the improved 2D FFT algorithm in [19] and conventional 2D
FFT algorithm, respectively. With the emergence of various
services, unlicensed spectrum bands have a large probability
to be applied in ISAC-enabled mobile communication systems.
The work of this paper may provide beneficial references
for the sensing algorithm design of the ISAC systems over
unlicensed spectrum bands.
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