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Abstract—Despite notable progress, speech emotion recogni-
tion (SER) remains challenging due to the intricate and am-
biguous nature of speech emotion, particularly in wild world.
While current studies primarily focus on recognition and gen-
eralization abilities, our research pioneers an investigation into
the reliability of SER methods in the presence of semantic data
shifts and explores how to exert fine-grained control over various
attributes inherent in speech signals to enhance speech emotion
modeling. In this paper, we first introduce MSAC-SERNet, a
novel unified SER framework capable of simultaneously handling
both single-corpus and cross-corpus SER. Specifically, concen-
trating exclusively on the speech emotion attribute, a novel
CNN-based SER model is presented to extract discriminative
emotional representations, guided by additive margin softmax
loss. Considering information overlap between various speech
attributes, we propose a novel learning paradigm based on cor-
relations of different speech attributes, termed Multiple Speech
Attribute Control (MSAC), which empowers the proposed SER
model to simultaneously capture fine-grained emotion-related
features while mitigating the negative impact of emotion-agnostic
representations. Furthermore, we make a first attempt to examine
the reliability of the MSAC-SERNet framework using out-of-
distribution detection methods. Experiments on both single-
corpus and cross-corpus SER scenarios indicate that MSAC-
SERNet not only consistently outperforms the baseline in all
aspects, but achieves superior performance compared to state-
of-the-art SER approaches.

Index Terms—Speech emotion recognition, affective comput-
ing, multiple speech attribute control, reliability analysis, out-of-
distribution detection

I. INTRODUCTION

HUMAN emotion, intricately woven from the threads of
personal connections, environmental stimuli, and cogni-

tive processes, stands as a captivating and complex facet of
the human experience [1]. As a powerful catalyst, emotions
not only steer human behavior but also weave their essence
into the fabric of daily interactions and professional endeavors
[2]. It is within this nuanced context that the fusion of emotion
and technology takes center stage, giving rise to the significant
field of speech emotion recognition (SER), of which primary
goal is to automatically discern emotional states within spoken
communication. Given the potential to profoundly impact both
human well-being and technological advancements, SER plays
a crucial role in diverse practical applications, such as human
machine interaction [3], healthcare [4], education [5], business
[6], and so forth.
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In the realm of SER, diverse speech signals from speakers
of different regions and recording environments usually ex-
hibit distinct characteristics, yet there exists implicit similar
emotional information within the same emotion category, as
pointed out in [7]. Consequently, the fundamental challenge
in SER lies in acknowledging the inherent variability within
signals while identifying the intrinsic emotional representa-
tions in these information sources, aiming to construct robust
models for prediction.

Under such scenarios, how to train an effective and robust
classifier for SER based on these signals has been a subject of
research for over two decades. Early studies usually focus on
single-corpus tasks, where models were developed and evalu-
ated within the confines of a singular emotion corpus. These
approaches emphasize improving the discrimination of hand-
crafted features [8]–[10], which are then input into conven-
tional machine learning algorithms like support vector machine
(SVM) [11], [12], decision trees [12], [13], or Bayesian clas-
sifiers [14]. In recent years, with the remarkable development
of machine learning and deep learning technology, deep neural
network (DNN) based methods, such as Long Short-term
Memory (LSTM) [15]–[17], Recurrent Neural Network (RNN)
[18], [19], Convolution Neural Network (CNN) [20]–[22], and
others [23]–[27], have become the mainstream approach in
SER. Benefiting from the robust feature learning capability
of DNNs, the performance of these methods has undergone a
significant enhancement compared to traditional approaches.
Afterwards, researchers progressively shifted their attention
towards cross-corpus SER tasks, which involve training SER
models using one or more public datasets and then evaluating
their recognition capabilities and generalization performance
with unseen emotional corpora. These methods often prioritize
paradigmatic design, typically integrating the comprehensive
utilization of diverse speech attributes within the signal. For
instance, Xiao et al [28] presented a generalized domain adver-
sarial neural network (GDANN) and a class-aligned GDANN
to learn domain-invariant representations for robust emotion
recognition. Latif et al [22] introduced an adversarial dual
discriminator (ADDi) network and a self-supervised learning
based ADDi network to address the performance degradation
of the cross-corpus and cross-language SER. Yu et al [25]
advocated a gender-attribute-augmented contrastive language-
audio pretraining SER framework with the guidance of natural
language supervisions to identify emotions.

Nevertheless, notwithstanding impressive advancements,
these approaches still have several limitations, and the SER
task remains open and challenging.
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• First, there is limited research attention directed towards
simultaneously addressing single-corpus and cross-corpus
SER tasks [29], whereas the demand for such capabilities
is imperative in complex real-world applications.

• Second, despite numerous recent studies [22], [25],
[28], [30]–[34] aiming to enhance the SER performance
through the incorporation of various additional speech
attributes (gender, speaker, language, etc) via adaptive
or adversarial domain adaptation methods, correlations
among different speech attributes are often overlooked.
For instance, the commonly used voiceprint/speaker at-
tribute based gradient reversal control method, while
partially mitigating the speaker bias issue in SER [12],
[35], [36], also impairs gender attribute information in
the speech signal. However, according to many literature
[25], [33], [34], gender attributes undoubtedly provide
useful information for speech emotion classification.

• Third, in comparison to other domains like computer
vision (CV) [37]–[39], natural language processing (NLP)
[40]–[42], or even tasks within speech processing such as
automatic speech recognition [43]–[45], it is noteworthy
that there is a scarcity of publicly available benchmarks
for SER, with the majority being of a relatively modest
scale. In this context, the trained SER methods will
inevitably encounter unseen or unfamiliar data when
deployed in the open world, thus placing high demands on
the reliability of the SER methods. However, current SER
field largely focuses on the approaches’ recognition and
generalization performance, while ignoring the reliability
performance which is of great importance in real-world
applications, such as medical diagnosis, legal assistance,
security monitoring, and so on.

Hence in this study, we pioneer an investigation into the
reliability of SER methods in the presence of semantic data
shifts, and introduce a novel unified SER workflow termed
MSAC-SERNet that is able to simultaneously address both
single-corpus and cross-corpus SER tasks. Our primary focus
is on intricately modeling speech emotion by exercising pre-
cise control over diverse speech attributes. In summary, the
main contributions of this paper are four-fold.

• First, from the perspective of merely modeling speech
emotion, a novel convolution neural network (CNN)
based SER model is constructed, whose architecture is
shown in Fig. 1. To ensure the discriminability of the
acquired features, we design several modules such as
shallow feature extraction with different receptive fields,
deep feature extraction, and aggregation pooling. Besides,
we adopt additive margin softmax (AM-Softmax) [46]
loss to train the proposed SER model end-to-end, so as
to alleviate issues of inter-class similarity and intra-class
difference of emotion categories.

• Second, considering the redundancy of various attributes
in speech signals, we propose MSAC (multiple speech
attribute control), a novel learning paradigm that can
explicitly control different speech attributes, enabling the
proposed SER model to be less affected by emotion-
agnostic speech attributes and better capture nuanced

emotion-associated representations. In this way, our pro-
posed unified SER workflow MSAC-SERNet could en-
hance its overall performance.

• Third, four state-of-the-art (SOTA) out-of-distribution
(OOD) detection method, i.e., ODIN [47], Ma Distance
[48], MaxLogit [49], and ReACT [50] are employed
to examine the reliability of our proposed SER models
under both single-corpus and cross-corpus SER settings.
Besides, we also propose a simple OOD detection method
rODIN (reverse ODIN), which achieves the best results
under both single and cross corpus SER settings. To the
best of our knowledge, this is the first work to evaluate
and analyze the reliability performance of SER methods
in the presence of semantic data shifts.

• Fourth, we conduct comprehensive experiments on both
single-corpus and cross-corpus SER tasks, employing
six public speech emotion corpora. The results illustrate
that our proposed MSAC-SERNet attains superior perfor-
mance in comparison to SOTA SER approaches across
both single-corpus and cross-corpus SER scenarios. No-
tably, it consistently outperforms the baseline model in
all facets within the speaker-independent mode.

The rest of this work is arranged as the following. In
Section II, we provide the overview of related work. Section
III describes the details of the proposed MSAC-SERNet which
mainly consists of three parts, as depicted in Fig 1. In Section
IV, we introduce the corresponding experimental settings,
results, and analysis of the single-corpus and cross-corpus SER
tasks. Section VI draws the conclusions.

II. RELATED WORK

In this section, we briefly present the related work for the
speaker-dependent and speaker-independent SER, adversarial
domain adaption, and out-of-distribution (OOD) detection for
better legibility.

A. Speaker-dependent and Speaker-independent SER

Current SER field can be categorized into speaker-
dependent SER [16], [51], [52] and speaker-independent SER
[18], [25], [35], [53] on the basis of whether the same speaker
is utilized during both the training and testing phases.

In general, the former relies on training and testing data
from the same or partially overlapping set of speakers, em-
phasizing the recognition of individualized emotional nuances.
In [51], features extracted using a hybrid of pitch, formants,
MFCC, and their statistical parameters were input into an
SVM classifier. In [16], a 1D CNN LSTM network and a
2D CNN LSTM network were designed to capture local and
global features for SER. Despite achieving great recognition
results, when it comes to the speaker-independent SER task
that is more analogous to real-world scenarios, their perfor-
mance tends to exhibit significant degradation. The primary
reason for this lies in the fact that individuals exhibit varying
rhythms, tones, and styles when speaking. Even when express-
ing the same emotion, such as happiness in their utterances,
the differences can be substantial. However, speaker-dependent
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Fig. 1. Overall architecture of the proposed unified SER workflow MSAC-SERNet, including three parts: (1) Input pipeline. (2) The proposed SER mdoel.
(3) The proposed MSAC learning paradigm.

SER methods, in their model design and training stages, have
not taken this into account.

As a consequence, an increasing number of recent works
have shifted their focus towards the speaker-independent SER
task. In contrast, the speaker-independent SER task poses
a more intricate challenge, as it not only requires accurate
differentiation of diverse speech emotions but also demands
the resolution or alleviation of feature distribution variations
introduced by different speakers during training and testing
phases. To solve this problem, numerous studies have been
advocated. For example, [18] proposed an attention-based con-
volutional recurrent neural network to extract discriminative
reprsentations for emotion recognition using Mel-spectrogram
with deltas and delta-deltas. In [35], the authors presented
a speaker normalization method based on the pre-trained
HuBERT features for SER.

B. Adversarial Domain Adaptation

The generalization of SER systems is particularly crucial
within the SER domain, because it delineates the systems’
viability for deployment in real-world contexts.

Therefore, as one of the promising means to enhance
the generalisation performance, adversarial domain adaptation
(ADA) approaches [22], [28], [30]–[32] have gained much
attention. Holistically, existing ADA approaches aim to en-
hance the performance of the SER methods by controlling
various speech attributes of the speech signal via techniques
such as multi-task learning, adversarial learning, and so on.
For instance, Xiao et al [28] presented a generalized domain
adversarial neural network (GDANN) and a class-aligned
GDANN to learn the domain-invariant feature representations
for robust emotion recognition. Latif et al [22] introduced
an adversarial dual discriminator (ADDi) network and a self-
supervised learning based ADDi network to address the per-
formance degradation of the cross-corpus and cross-language
SER. Ahn et al [32] proposed a few-shot learning and unsuper-
vised domain adaptation based SER model, aiming to acquire
emotion similarity by leveraging source samples adapted to
the target domain.

Nonetheless, despite improved performance, they usually
neglect the interconnections among various speech attributes.
In contrast, our study endeavors to augment speech emotion
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modeling through a holistic consideration of the interrelation-
ships among diverse speech attributes.

C. Out-of-distribution Detection

With continuously deployment of deep learning techniques
in practical applications, their reliability has become a growing
concern, especially in the safety-critical and security-critical
scenarios [54].

Hence, as one of fundamental tasks for ensuring the re-
liability of DNN-based systems, out-of-distribution (OoD)
detection has attract the attention of numerous researchers.
Generally speaking, OOD detection aims to enable the model
to distinguish between known in-distribution (ID) samples
and unseen OOD samples, while not changing the original
architecture [55], [56]. Most of them [49], [50], [57], [58]
will not compromise the original capabilities of the model,
except for those attempting to establish better calibrated OOD
models early in the training phase [59], [60]. At present,
research on OOD detection predominantly concentrates on the
fields of CV [49], [50], [57]–[59] and NLP [61]–[64]. On the
contrary, there is relatively limited research on OOD detection
in the domain of speech processing, with the existing studies
primarily centered around the speech recognition task [65]–
[67].

III. METHODOLOGY

This section delineates the detailed configuration of the
proposed unified SER framework, MSAC-SERNet. Compris-
ing three integral components, namely the input pipeline, the
proposed SER model, and the MSAC learning paradigm, Fig.
1 illustrates the overall architecture. Further details about each
component will be elaborated below.

A. Input Pipeline

In contrast to prevalent SER methods that typically use
MFCCs, we choose to utilize FilterBank features (FBanks)
extracted from speech signals as input for the proposed
MSAC-SERNet workflow. Because we believe that, compared
to MFCCs, FBanks possess higher information density and
pay greater attention to frequency energy, making them po-
tentially more suitable for SER tasks. To be specific, all
speech signals undergo normalization within the range of -
1 to 1. Subsequently, we apply the framing operation and a
Hamming window to segment each speech signal into frames
with a length of 25ms and a shift of 10ms. Finally, we obtain
the FBanks for each frame through a 1024-point fast Fourier
transform and a mel-scale filter bank analysis.

B. Discriminative Feature Extraction

Instinctively, the feature extraction component holds a piv-
otal role in the design of speech emotion modeling, since the
quality of the acquired features pose an important impact on
the final performance. In consequence, we design two shallow
and deep feature extraction modules.

Specifically, we first designed three parallel convolution
modules, each incorporating diverse receptive field sizes.

This strategic design aims to guarantee the comprehensive
utilization of spatial and temporal information inherent in
the input Fbanks by the model. To be explicit, these three
convolution modules are composed of parallel convolution
layers with kernel sizes of 11×1, 3×3, and 9×1. Following
this convolutional operation, one batch normalization (BN) and
one rectified linear unit (ReLU) activation layers are applied.
The resulting features undergo the concatenation operation and
an additional convolution layer with a 5×5 kernel, followed by
a downsampling operation through an average pooling layer.

Subsequently, in order to further augment the representa-
tional capacity and discriminability of shallow features, we
additionally constructed a deep feature extraction module
which consists of multiple convolution blocks. Its specific
architecture is shown in Table. I.

TABLE I
DETAILS OF THE DEEP FEATURE EXTRACTION MODULE.

block name kernel size channel in channel out

conv block1 5×5 96 32
3×3 32 32

conv block2 3×3 32 64
1×1 64 64

conv block3 3×3 64 128
1×1 128 128

conv block4 3×3 128 256
1×1 256 256

conv block5 3×3 256 256
1×1 256 256

C. Aggregation Pooling

After capturing the emotional feature representations, we
constructed an aggregation pooling component based on sta-
tistical information, so as to eliminate the influence of time
dimension features on the final emotion classification.

Fig. 2. Schematics of the proposed aggregation pooling module.

To be concrete, considering the importance of the variation
and energy of speech signals for emotion recognition, we first
extract and concatenate the mean and standard deviation of
the temporal dimension within the emotional features . Then,
a linear projection module which consists of two blocks is built
to better leverage the above captured features. As illustrated
in Fig. 2, each block contains one fully connected layer, one
BN layer, and one LeakyReLU layer.
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D. Loss Function

Normally, SER methods employ cross-entropy loss for
model training, whereas we contend that this approach is prone
to inducing emotional confusion.

To mitigate this concern, we choose to adopt the additive
margin softmax (AM-Softmax) loss to optimize our MSAC-
SERNet, instead of employing conventional regularization
methods like label smoothing. By doing so, the proposed SER
model s able to enlarge the distance between different classes
and minimize the distance within the same category.

cos(θj,i) =
xT
i wj

∥xi∥ ∥wj∥
(1)

LE = − 1

N

N∑
i=1

log
es(cos(θyi,i)−m)

es(cos(θyi,i)−m) +
∑

j ̸=yi
es(cos(θj,i))

(2)

where LE represents the final loss of the emotion attribute,
xi and yi indicate the feature vector and label of the ith
sample, wj is the feature vector of class j, θj,i denotes the
angle between xi and wj , N denotes the batch size, s is the
scaling factor, m is the additive margin. In our case, m and s
are set as 0.2 and 30.

E. Multiple Speech Attribute Control Method

Existing studies [68]–[70] have demonstrated the intricate
challenge of decoupling speech signals, highlighting the in-
evitable overlap among different speech attributes. In this
context, numerous researchers [22], [30], [35] have endeavored
to enhance SER performance through the incorporation of
attribute-based ADA methods. Nevertheless, we contend that
their performance still falls short of optimal, as they predom-
inantly utilize diverse speech attributes without adequately
considering their interrelationships. To solve this issue, a
novel and effective MSAC method that explicitly models and
controls different speech attributes is proposed, as shown in
Fig. 3.

Unlike previous works, our proposed MSAC models speech
emotion attribute based on correlations across additional
speech attributes, aiming to simultaneously capture fine-
grained emotion-related representations while mitigating the
negative impact of emotion-agnostic features. More precisely,
our proposed MSAC method first classifies different speech
attributes into emotion, emotion-agnostic and emotion-
correlated attributes. The speaker and language speech at-
tributes are regarded as emotion-agnostic speech attributes,
because they share fewer acoustic properties with the emotion
attribute. In contrast, the gender attribute is an emotion-
correlated speech attribute, as male and female speech signals
usually exhibit substantial differences in energy, pitch, and
other acoustic characteristics which are of great importance
for SER. Then, for emotions and emotion-associated attributes,
we employ a multi-task learning strategy to preserve valuable
information for emotion identification, guided by the AM-
Softmax loss. Meanwhile, regarding emotion-agnostic speech
attributes, we not only utilize the multi-task learning strategy
but also employ gradient reversal [30] which transmits data
during forward propagation and reverses the sign of the

Fig. 3. Overview of the proposed MSAC learning paradigm. FC denotes the
fully connected layer, GRL represents the gradient reversal layer.

gradient during backward propagation, thereby mitigating their
influence on the emotion attribute. Moreover, it is essential to
point out that all of these speech attributes should be optimized
together since they are mutually influenced.

Therefore, the final classification loss can be formulated as
follows:

LEag
=

N∑
i=1

αiLai
(3)

LEco
=

M∑
j=1

αjLaj (4)

Ltotal = (1−
N∑
j=1

αi −
M∑
j=1

αj)LE + LEag
+ LEco (5)

where LEag , LEco , and LE are AM-Softmax classification
loss of emotion-agnostic, emotion-correlated, and emotion
attributes, ai and αi are emotion-agnostic attribute and its
weight coefficient, aj and αj are emotion-correlated attribute
and its weight coefficient, N and M represent the number
of used emotion-agnostic and emotion-correlated attributes.
Regarding the values for these hyper-parameters, please refer
to the experiment section.

As a consequence, the proposed SER model using MSAC
is capable of extracting more discriminative emotional feature
representations, thus improving its overall performance.

IV. EXPERIMENTAL DATABASES AND SETUP

In this section, the used experimental datasets for the single-
corpus and cross-corpus SER tasks are first introduced. Then,
the detailed configurations of all experiments are given. Last,
we describe the overall experimental results and analysis.
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A. Dtatbases

To verify the effectiveness of our proposed unified SER
workflow, we totally use seven public speech emotion corpora
and perform extensive experiments on both single-corpus
and cross-corpus SER tasks. Details of these datasets are as
follows:

1) IEMOCAP [71]: IEMOCAP is a key resource in the
realm of SER, consists of 12 hours of multimodal data
featuring 10 performers. Across five sessions, both male
and female actors participate in scripted and improvised
scenes, providing transcriptions, speech waveforms, and
visual frames for comprehensive analysis. IEMOCAP
offers diverse emotional expressions, including angry,
happy, sad, surprise, fear, disgust, neutral, frustration,
and excitement. All speech signals are sampled at a rate
of 16 kHz with 16-bit resolution.

2) EMO-DB [72]: EMO-DB is a significant German emo-
tional database which comprises 10 speakers delivering
535 utterances in the German language, totaling 25 min-
utes of audio. EMO-DB is characterized by 7 emotions
which are angry, boredom, disgust, fear, happy, neutral,
sad.

3) EMOVO [73]: EMOVO, an Italian emotional dataset,
features 6 speakers (3 males and 3 females), presenting
588 utterances at a 48 kHz sampling rate. This corpus
encompasses 7 emotions, which are angry, disgust, joy,
fear, sad, neutral, and surprise.

4) CASIA [74]: CASIA, a Chinese emotion corpus, show-
cases recordings from four professional speakers (2 male
and 2 female), portraying six emotions: angry, happy,
fear, sad, surprise, and neutral. The dataset comprises
1,200 public sentences, sampled at a rate of 16 kHz.

5) RAVDESS [75]: RAVDESS, the Ryerson Audio Visual
Database of Emotional Speech and Song, encompasses
24 speakers delivering 2542 English utterances. The
corpus has total 2 hours and 47 minutes of audio, with
8 emotions: happy, sad, angry, fear, surprise, disgust,
calm, and neutral.

6) TESS [76]: TESS, the Toronto Emotional Speech Set,
comprises two actors (one male and one female), pre-
senting 2800 English emotional utterances. This dataset,
amounting to 1 hour and 36 minutes of audio, encom-
passes seven emotions: angry, disgust, joy, fear, sad,
neutral, and happy.

To be explicit, in single-corpus SER, we first select the
most challenging IEMOCAP corpus. To make fair compar-
isons, we likewise select four classes (happy + excited, angry,
sad, and neutral) to evaluate the recognition performance of
the proposed SER workflow. The remaining three classes
(frustrated, fear, and surprised) are chosen to test the re-
liability performance of the proposed MSAC-SERNet. For
a comprehensive comparison, we also choose EMO-DB to
evaluate MSAC-SERNet’s recognition performance due to its
widespread utilization.

As for the cross-corpus SER task, five classes (happy, angry,
sad, fear, and neural) of five gender-balanced corpora (EMO-
DB, EMOVO, IEMOCAP, CASIA, and RAVDESS) are em-

ployed to verify the recognition performance of the proposed
SER method, while their remaining classes are utilized to
examine the reliability performance of the proposed MSAC-
SERNet. In terms of the generalization performance, the same
five emotion classes of one unseen corpus TESS are chosen.

B. Implementation Details

In all experiments, AdamW [77] is adopted to optimize
all models with an initial learning rate of 0.001 and a batch
size of 64, and they are all trained for 100 epochs. Besides,
SpecAugment [78] is applied to input Fbanks with a frequency
mask width of 2 as well as a time mask width of 30 frames.

Concerning the best configurations of weight coefficients,
we set αE=0.5, αS=0.3, αG=0.2 for IEMOCAP, αE=0.85,
αS=0.1, αG=0.05 for EMODB, and αE=0.5, αS=0.15,
αG=0.2, αL=0.15 for cross-corpus SER.

For a fair comparison with SOTA SER methods, we adopt
the standard 10-fold speaker-independent cross-validation in
the single-corpus SER task, which is the same as exist-
ing studies [79]–[82]. As for the cross-corpus SER task,
the holdout speaker-independent cross-validation is employed.
Concretely, two randomly selected speakers from each experi-
mental datasets of cross-corpus SER are respectively employed
as the valid and test sets, while the remaining data of each
datasets is utilized as the training set.

C. Evaluation Metrics

Different metrics are used to validate the recognition, gen-
eralization, and reliability performance of the proposed SER
workflow.

To be precise, the weighted average recall (WAR) and
unweighted average recall (UAR) are employed to evaluate
the recognition and generalization performance. In terms of
the reliability performance, the false positive rate at 95% true
positive rate (FPR95) and Area Under the Receiver Operating
Characteristic curve (AUROC) are adopted.

V. EXPERIMENTAL RESULTS AND DISCUSSION

A. Comparison With Existing Works

1) Single-corpus SER Task: To demonstrate the effective-
ness of our proposed unified SER workflow MSAC-SERNet,
we first compare its recognition performance with recent
SOTA SER methods on the IEMOCAP and EMO-DB datasets.
The results are shown in Table II and Table III.

From Table II and Table III, it can be easily seen that our
proposed MSAC-SERNet achieves the best recognition per-
formance among other SOTA methods. To be exact, MSAC-
SERNet obtains the best WAR of 72.97% and UAR of 71.76%
on IEMOCAP, and acquire the best WAR of 93.21% and
secondary best UAR of 92.11% on EMO-DB, respectively.
These achievements are attained through the fine-grained
modeling of the emotion attribute present in speech signals. On
one hand, our proposed MSAC learning paradigm takes into
account the intricate interplay among diverse speech attributes,
which enables the extraction of feature representations that
encompass emotional information from speech signals to the
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TABLE II
RECOGNITION COMPARISON OF SOTA SER METHODS ON IEMOCAP.

THE ‘-’ REPRESENTS THE LACK OF THIS MEASURE, AND THE BEST
PERFORMANCE IS BOLDED.

Algorithms Year UAR WAR

CNN+Bi-GRU [79] 2020 71.72 70.39

SPU-MSCNN [80] 2021 68.40 66.60

Light-SERNet [20] 2022 70.76 70.23

ISNet [82] 2022 70.43 65.02

CMRN [81] 2022 66.64 -

SS-AAE [83] 2022 66.70 -

Dual-TBNet [17] 2023 64.80 -

Ours 2023 71.76 72.97

TABLE III
RECOGNITION COMPARISON OF SOTA SER METHODS ON EMO-DB. THE
‘-’ DENOTES THE LACK OF THIS MEASURE. THE BEST PERFORMANCE IS

BOLDED AND THE SECOND BEST IS UNDERLINED.

Algorithms Year UAR WAR

SGMM-HMM [84] 2019 90.48 88.25

CNN-FA [80] 2021 83.30 82.10

DIFL [36] 2022 89.72 88.49

CMRN [81] 2022 92.51 -

Dual-TBNet [17] 2023 84.10 -

TFPE-SVM [1] 2023 85.60 -

RH-emo+Quat [24] 2023 73.00 65.64

CNN-CasA-Tri [85] 2023 91.58 88.76

Ours 2023 92.11 93.21

fullest extent possible. On the other hand, the designed SER
model not only captures discriminative features from speech
signals, but extends the inter-class distance between different
emotion categories while decreasing the intra-class distance
within the same emotion category.

2) Cross-corpus SER Task: For a fair comparison with
other approaches, we present existing learning paradigms that
share a similar conceptual framework as outlined in this paper,
along with their respective performance metrics in Table IV.

TABLE IV
RECOGNITION COMPARISON OF SOTA SER METHODS ON CROSS-CORPUS

SER. BASE REPRESENTS THE PROPOSED SER MODEL.

Models Year ID Recognition OOD Generalization

WAR UAR WAR/UAR

Base 2023 44.64 44.42 54.25

Base+GMT [33] 2019 48.95 48.27 52.05
Base+TAP [35] 2022 49.22 46.98 57.55
Base+AGR [86] 2022 49.68 48.83 47.15

Base+AMTL [86] 2022 52.98 52.39 54.75

Ours (Base+MSAC) 2023 55.18 53.67 70.00

From Table IV, it is evident that our proposed MSAC
consistently achieves the best ID recognition and OOD gen-

eralization results.
• Concerning ID recognition performance, our base SER

model achieves a WAR of 44.64% and a UAR of 44.42%.
When incorporating recent learning paradigms [33], [35],
[86], their WAR and UAR are all improved. Among
them, AMTL demonstrated superior performance, with
a 8.34% increase in WAR and a 7.97% increase in UAR.
In comparison, our proposed MSAC achieves the best ID
recognition performance, with absolute improvements of
10.54% WAR and 9.25% UAR.

• In terms of the OOD generalization performance, the pro-
posed SER base model attains a WAR/UAR of 54.25%.
When using other speech attributes as auxiliary task,
GMT and AGR exhibit lower performance compared
to the proposed base model, while TAP and AMTL
demonstrate slight performance enhancements.

B. Ablation Study

To comprehensively assess and analyze the validity of our
proposed MSAC-SERNet and its components, more detailed
ablation study is performed.

1) Single-corpus SER Task: We first compare the recog-
nition performance of our MSAC-SERNet and its variants
on IEMOCAP and EMODB within single-corpus SER, as
presented in Table V and Table VI.

TABLE V
RECOGNITION COMPARISON OF OUR PROPOSED MSAC-SERNET AND ITS

VARIANTS ON IEMOCAP.

Models ID Recognition

WAR UAR

Base 68.40 68.42
Base+SGR 69.23 68.33
Base+GML 69.02 68.10

Ours (Base+MSAC) 72.97 71.76

TABLE VI
RECOGNITION COMPARISON OF OUR PROPOSED MSAC-SERNET AND ITS

VARIANTS ON EMODB.

Models ID Recognition

WAR UAR

Base 85.71 80.48
Base+SGR 88.57 83.33
Base+GML 87.76 87.25

Ours (Base+MSAC) 92.11 93.21

We can easily observe that with the increase of additional
speech control, the ID recognition performance of the SER
mdoel is gradually enhanced. The rationale behind this trend
stems from the reasonable and stringent constraints imposed
by learning paradigms, allowing the model to incorporate
more useful information from diverse speech attributes. This
approach, to some extent, facilitates the effective acquisition
of speech emotion information, leading to an overall enhance-
ment in the model’s performance. Besides, as evident from
the tables above, the results clearly demonstrate the superior
performance of our proposed MSAC over existing learning
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Fig. 4. Confusion matrices for the variants of the proposed MSAC-SERNet on IEMOCAP. The diagonal numbers represent the recall rate for each emotion.

paradigm such as [86]. This superiority is attributed to the
fact that our MSAC is modeled based on the relationships
among diverse speech attributes, representing a more rational
approach that enables the capture of finer-grained emotional
feature representation.

To scrutinize the recognition performance of each category,
we further present the confusion matrices for MSAC-SERNet
and its variants on IEMOCAP in Fig. 4, where ANG, SAD,
HAP, NEU represent angry, sad, happy, and neutral. It illus-
trates that our proposed MSAC-SERNet gains a comparable or
higher recognition accuracy for each emotion than its variants,
which validates the effectiveness of the proposed SER model
architecture and MSAC learning paradigm.

2) Cross-corpus SER Task: Moreover, We also test the
recognition and generalization performance of our proposed
MSAC-SERNet and its variants in the cross-corpus SER task.

TABLE VII
RECOGNITION AND GENERALIZATION RESULTS OF OUR PROPOSED

MSAC-SERNET AND ITS VARIANTS IN CROSS-CORPUS SER.

Models ID Recognition OOD Generalization

WAR UAR WAR/UAR

Base 44.64 44.42 54.25

Base+SGR 49.22 46.98 57.55
Base+GML 48.95 48.27 52.05
Base+LGR 47.20 46.47 56.10

Base+SGR+GML 51.24 52.87 58.35
Base+SGR+LGR 49.95 48.74 56.05
Base+LGR+GML 51.24 50.74 53.65

Ours (Base+MSAC) 55.18 53.67 70.00

As illustrated in Table VII, it can be ascertained that the
proposed MSAC-SERNet also consistently achieves the best
performance in terms of ID recognition and OOD generaliza-
tion performance, which further validates the effectiveness of
the proposed unified SER workflow.

Concretely, in terms of the ID recognition and OOD gen-
eralization performance, our proposed SER model achieves
a ID WAR of 44.64%, a ID UAR of 44.42%, and a OOD
WAR/UAR of 54.25%, respectively. Then, when applying
the commonly used ADA method which could enable the
model to be less affected by the emotion-agnostic speaker
attribute, the WAR and UAR of the model’s ID recogni-

tion performance are improved by 4.58% and 2.56%, the
WAR/UAR of the model’s OOD generalization performance
is improved by 3.3%. Afterward, when adding GML stragegy
on top of SGR, the model is able to reduce the negative
impact of the speaker attribute while retaining the useful
emotion-correlated gender attribute information for SER. As
a result, the WAR and UAR of ID recognition performance
are further enhanced by 2.02% and 5.89%, the WAR/UAR of
OOD generalization performance is further improved by 0.8%
as well. In particular, when using our proposed MSAC method
which simultaneously controls all known emotion-agnostic and
emotion-correlated speech attributes, the proposed SER model
achieves the best ID recognition and OOD generalization
performance which outperforms the baseline by 8.61%, 9.29%
and 7.35%, respectively.

C. Reliability Comparison And Analysis

In recent years, as AI models continue to showcase substan-
tial potential across diverse practical domains, their reliability
has garnered significant attention. In this context, we initiate a
preliminary analysis of the reliability of SER models when
facing semantic data shifts. To be specific, we use four
SOTA OOD detection methods and propose one simple OOD
detection method rODIN which is a variant of ODIN, so as
to verify the reliability performance of our MSAC-SERNet.

1) Single-corpus SER Task: First, we compare the reli-
ability of the proposed MSAC-SERNet and its variants in
the single-corpus SER task, whose corresponding results are
delineated in Table VIII.

According to the reported results, it is apparent that as
additional speech attributes are gradually controlled, the reli-
ability performance of the proposed base model continuously
improves, with the exception of the Base + GML for the
ReACT method. In general, the SGR performs better than the
GML learning paradigm, and our proposed MSAC achieves the
best results. Take the commonly used MaxLogit OOD method
as an example. Our proposed base model attains FPR95
of 95.74% and AUROC of 59.95% which hardly identifies
any OOD samples. When exerting control over additional
speech attributes, namely speaker and gender, their reliability
performance has been gradually enhanced. In particular, when
utilizing our proposed MSAC learning paradigm, the proposed
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Fig. 5. The t-SNE visualization of data distribution on IEMOCAP, where FRU, FEA, SUR represent the emotions of frustration, fear, and surprise.

TABLE VIII
RELIABILITY COMPARISON OF OUR PROPOSED MSAC-SERNET AND ITS
VARIANTS IN SINGLE-CORPUS SER. THE OPTIMAL OUTCOMES FOR EACH

OOD DETECTION METHOD ARE EMPHASIZED IN BOLD, WITH THE
OVERALL BEST RESULTS ACROSS ALL METHODS HIGHLIGHTED IN RED.

OOD Detector Model FPR95 (↓) AUROC (↑)

rODIN

Base 95.74 59.95
Base+SGR 81.36 63.83
Base+GML 93.49 62.91

Ours (Base+MSAC) 68.29 73.23

MaxLogit

Base 95.89 59.73
Base+SGR 81.66 63.77
Base+GML 93.49 62.81

Ours (Base+MSAC) 68.49 72.95

ODIN

Base 96.04 59.89
Base+SGR 81.46 63.93
Base+GML 92.74 62.77

Ours (Base+MSAC) 69.09 72.61

ReACT

Base 92.23 65.15
Base+SGR 85.47 63.64
Base+GML 97.34 49.59

Ours (Base+MSAC) 78.66 65.45

Ma Dis

Base 100.0 41.18
Base+SGR 98.36 42.78
Base+GML 97.81 37.46

Ours (Base+MSAC) 94.80 48.60

method realizes a remarkable 27.40% FPR95 reduction and
a significant AUROC upgrade of 13.22% as opposed to
the baseline, reaching a preliminary usable level for OOD
detection. And it also indicates that by incorporating emotion-
associated speech attributes and attenuating emotion-agnostic
speech information, the proposed MSAC-SERNet can extract
more robust emotional features, thereby enhancing the model’s
OOD detection capabilities when facing semantic shifts.

Additionally, we observe an intriguing phenomenon where
commonly used techniques in CV and NLP for enhancing
OOD detection performance do not necessarily apply to the
SER task. Concretely, the ODIN method, which introduces
a positive perturbation to the input signal to some extent
enlarging the confidence distribution of ID and OOD sam-
ples, exhibits undesirable effects in SER. Contrarily, our
experiments show that our proposed rODIN method which
introduces a reverse perturbation to the input signal, akin to
generating adversarial examples [87], can slightly enhance the
model’s OOD detection capabilities in the domain of SER.

Furthermore, to conduct an in-depth analysis of reliability
performance, we employ the unsupervised t-SNE technique to
visualize the features’ distribution of ID and OOD data from
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the IEMOCAP corpus. In particular, we perform a comparative
analysis using our proposed SER base model, MSAC-SERNet
and its variants, as depicted in Fig. 5. From the figure, it
is evident that our proposed MSAC-SERNet exhibits a more
pronounced disparity in the distribution of ID and OOD data
compared to its baseline model and variants. This is attributed
to the finer control over various speech attributes incorporated
into the MSAC-SERNet, enabling the model to capture more
nuanced emotional feature representations. Consequently, this
enhancement contributes to improved reliability performance
when facing semantic data shifts.

2) Cross-corpus SER Task: Subsequently, the reliability
comparison of the proposed MSAC-SERNet and its variants
in the cross-corpus SER task is performed, and the results are
illustrated in Table IX.

TABLE IX
RELIABILITY COMPARISON OF OUR PROPOSED MSAC-SERNET AND ITS
VARIANTS IN CROSS-CORPUS SER. THE OPTIMAL OUTCOMES FOR EACH

OOD DETECTION METHOD ARE EMPHASIZED IN BOLD, WITH THE
OVERALL BEST RESULTS ACROSS ALL METHODS HIGHLIGHTED IN RED.

OOD Detector Model FPR95 (↓) AUROC (↑)

rODIN

Base 95.34 59.10
Base+SGR 94.48 58.95
Base+GML 95.37 58.78
Base+LGR 89.23 61.26

Base+GML+SGR 91.44 55.71
Base+GML+LGR 94.42 55.14
Base+LGR+SGR 90.82 56.43

Ours (Base+MSAC) 85.27 63.12

MaxLogit

Base 95.28 59.08
Base+SGR 94.25 59.00
Base+GML 95.57 58.76
Base+LGR 89.49 61.10

Base+GML+SGR 91.77 55.38
Base+GML+LGR 94.48 55.15
Base+LGR+SGR 90.85 56.44

Ours (Base+MSAC) 85.29 62.95

ODIN

Base 95.41 59.08
Base+SGR 94.25 59.05
Base+GML 95.11 59.14
Base+LGR 89.56 60.91

Base+GML+SGR 91.58 55.42
Base+GML+LGR 94.45 55.22
Base+LGR+SGR 90.85 56.44

Ours (Base+MSAC) 85.37 62.92

ReACT

Base 94.38 56.31
Base+SGR 93.36 57.44
Base+GML 96.17 58.49
Base+LGR 90.88 55.74

Base+GML+SGR 94.55 54.54
Base+GML+LGR 92.43 57.38
Base+LGR+SGR 91.34 57.33

Ours (Base+MSAC) 87.78 60.56

Ma Dis

Base 92.73 61.62
Base+SGR 95.48 53.92
Base+GML 97.12 41.93
Base+LGR 93.25 48.47

Base+GML+SGR 93.19 49.94
Base+GML+LGR 94.11 51.37
Base+LGR+SGR 94.37 56.01

Ours (Base+MSAC) 91.55 56.97

Similarly, it can be easily perceived that, for all employed
OOD detection methods, our proposed MSAC approach en-
ables the proposed base SER model to achieve the highest

reliability performance. Besides, compared with the existing
four OOD detection methods, the proposed rODIN method at-
tains the best reliability performance as well. Furthermore, we
find that when using additional speech attribute based gradient
reversal strategy to optimize the proposed base model, the
reliability performance generally outperforms that of the multi-
task learning strategy-based approaches. Consider the rODIN
method, for instance. Our proposed base SER model acquires
the FPR95 and AUROC of 95.34% and 59.10%. When adding
one additional speech attribute control, it can be viewed that
the Base + GML performs even worse than the baseline,
while the Base + SGR and Base + LGR achieve marginal
enhancement over the baseline. When exerting control over
two additional speech attributes, the Base + LGR + SGR
outperforms Base + GML + LGR and Base + GML + SGR,
yet, they all exhibit varying degrees of decline in AUROC
performance. Comparatively, when incorporating the proposed
MSAC, our proposed SER model obtains a 5.98% reduction in
FPR95 and a 4.02% improvement in AUROC compared with
the baseline.

VI. CONCLUSIONS AND FUTURE WORK

In this paper, we introduce a novel unified SER workflow,
MSAC-SERNet, based on the data distribution of various
speech attributes for both single-corpus and cross-corpus SER.
In addition, we pioneer an exploration into the reliability
performance of the proposed MSAC-SERNet framework and
propose a new OOD detection method for the SER tasks.
Comprehensive experiments conducted on six public emotion
corpora demonstrate that our proposed MSAC-SERNet not
only achieves superior recognition and generalization results
compared to state-of-the-art (SOTA) single-corpus and cross-
corpus SER approaches but also consistently outperforms the
baseline SER model in all aspects, including recognition,
generalization, and reliability. Our findings highlight that intri-
cately modeling speech emotion by exerting additional precise
control over diverse speech attributes consistently enhances the
overall performance of the proposed SER workflow. Further-
more, we observe that commonly employed OOD detection
techniques in CV and NLP fields, such as the input positive
perturbation of the ODIN method, may not necessarily be
applicable to the SER task. This implies the necessity for
developing an OOD detection method more tailored to the
inherent nature of SER tasks.

In future work, we will explore exerting control over a
broader range of additional speech attributes and leverage the
characteristics of SER tasks to propose more efficient OOD
detection methods.
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