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Abstract The focus of this article is on shape and

topology optimization of transient vibroacoustic prob-

lems. The main contribution is a transient problem for-

mulation that enables optimization over wide ranges

of frequencies with complex signals, which are often of

interest in industry. The work employs time domain

methods to realize wide band optimization in the fre-

quency domain. To this end, the objective function is

defined in frequency domain where the frequency re-

sponse of the system is obtained through a fast Fourier

transform (FFT) algorithm on the transient response

of the system. The work utilizes a parametric level set

approach to implicitly define the geometry in which

the zero level describes the interface between acoustic

and structural domains. A cut element method is used

to capture the geometry on a fixed background mesh
through utilization of a special integration scheme that

accurately resolves the interface. This allows for accu-

rate solutions to strongly coupled vibroacoustic systems

without having to re-mesh at each design update. The

present work relies on efficient gradient based optimiz-

ers where the discrete adjoint method is used to calcu-
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late the sensitivities of objective and constraint func-

tions. A thorough explanation of the consistent sensi-

tivity calculation is given involving the FFT operation

needed to define the objective function in frequency do-

main. Finally, the developed framework is applied to

various vibroacoustic filter designs and the optimiza-

tion results are verified using commercial finite element

software with a steady state time-harmonic formula-

tion.

Keywords Vibroacoustics · Cut finite elements ·
Immersed boundary methods · Transient optimization ·
Level set methods · Shape optimization

1 Introduction

Topology optimization [12] is a numerical method to de-

termine optimal material distributions that minimizes

a given performance criteria under a set of constraints.

The method has gained increasing popularity across

many areas in both research and industry since it al-

lows for innovative designs through free material dis-

tribution. Considerable number of studies on topology

optimization paved the way for giga scale structural op-

timization for static structural mechanics problems [1].

The method has also been applied to the optimization

of fluid systems [34,21] as well as several multi-physics

applications [50,4,22]. Considering dynamics, after the

introduction of the adjoint method for transient prob-

lems [29,38] examples of topology optimization under

transient loadings can be found in the works of [43,

37,52]. Moreover, optimizing for complex signals con-

taining wide range of frequency content is of great in-

terest in industry, for example, optimizing parts of a

hearing aid device which requires a good performance

expectancy over a wide frequency window. Commonly,
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frequency domain modelling and optimization only deals

with discrete frequencies which are usually selected from

a limited window of the frequency band. Optimization

can quickly become excessively expensive when many

frequencies are considered in order to widen the zone

of influence of optimization on the frequency response

of the system. Examples of topology optimization in

frequency domain can be found considering eigenvalue

problems [47], optics [33], acoustics [24,42,14] and vi-

broacoustics [56]. Using a time-dependent problem for-

mulation presents a promising alternative to address

this issue since the optimization can be carried out us-

ing complex and compact signals that contains broad

ranges of frequencies. This idea can be seen in the works

of [40,28,27,30] where a representative time-domain in-

put pulse is selected to excite a broad frequency range

in order to carry out transient topology optimization

of antennas. However, this approach still does not pro-

vide the full control on the broad-band response in the

frequency domain. This is because the objective func-

tion is defined in the time domain and the optimization

only indirectly effects the frequency content of the sig-

nal that is being optimized.

Although density based topology optimization meth-

ods provides the largest degree of design freedom, the

ersatz material model presents several issues for multi-

phsysics problems that are strongly coupled through

the interface. The main reasons for this can be listed

as the lack of physical interpretation of the interme-

diate densities and the stair-case (pixelized) boundary

description. Generally, strongly coupled problems, i.e

vibroacoustics, require accurate modelling of the in-

terface in order to correctly capture and model the

interactions between the two physics. As an alterna-

tive to density methods, level set based methods [41]

show great promise wrt. coupled multi-physics prob-

lems. These methods implicitly defines the geometry

by an iso-level of the level set function, which is usually

taken as the zero level contour of the level set function.

However, when such methods are used with an ersatz

material approach [54], the level set function is - similar

to density methods - mapped onto a piece-wise constant

density field and the interface is still represented with

an interpolated gray area. Hence, such level set meth-

ods suffers the same drawbacks as the density based

topology optimization for coupled problems. Alterna-

tively, the geometry defined by the zero level of the

level set function can also be captured with body fitted

meshes [5] in which a very accurate modelling of the

coupled physics can be realized depending on the qual-

ity of the elements along the re-meshed interface. This

approach commonly uses the solution of a Hamilton

Jacobi type equation to update the design by moving

the interface based on the calculated shape sensitivi-

ties. However, due to the re-meshing operation at each

design iteration, the approach is not efficient for par-

allel computing frameworks. Moreover, numerical noise

may be introduced in the sensitivities due to the ex-

trapolation from the fitted mesh onto the background

mesh. Examples of classical level set approach for the

optimization of vibroacoustic systems can be found in

[49,31,18]. A detailed comparative review of density,

level set and evolutionary based optimization methods

for vibroacoustics can be found in the work of [20].

Cumbersome re-meshing operation can be avoided

when the level set approach is coupled with immersed

boundary methods [46] to capture the geometry. The

present work utilizes the immersed boundary cut ele-

ment method presented in [8] to model the exact (piece-

wise linear) boundary represented by the zero contour.

Throughout the optimization, a fixed mesh is used and

the accurate modeling of the interface elements is re-

alized through a special integration scheme. The em-

ployed cut element method can be categorized as a spe-

cial (simplified) case of CutFEM without stabilization

[13], finite cell method [25] or X-FEM without enrich-

ment [16]. For the optimization, the utilized cut element

method is coupled with the so-called explicit level set

approach [17,35] in which the nodal level set values are

directly tied to the mathematical design variables. This

approach enables the utilization of nonlinear program-

ming tools, such as the Method of Moving Asymptotes

(MMA) algorithm [51] that is used in the current work,

and in turn allows for general optimization frameworks

where multiple objective and constraint functions easily

can be considered in the optimization.

The current work focuses on topology, or generalized

shape, optimization of transient vibroacoustic problems

where a time dependent problem formulation allows the

realization of wideband performance optimization in

the frequency domain. Throughout the work, the fre-

quency response of the coupled vibroacoustic system is

obtained through a fast Fourier transform (FFT) al-

gorithm applied to the transient response of the sys-

tem. This allows the objective function to be defined in

frequency domain where the optimization can directly

tailor the response of the coupled system. To the best

of the authors’ knowledge, utilization of time-domain

methods to realize wideband optimization in the fre-

quency domain have not been demonstrated before for

structural optimization of strongly coupled vibroacous-

tic problems. Moreover, the work utilizes the discrete

adjoint method for calculating the gradients of the ob-

jective function [44,19]. A thorough explanation of the

consistent sensitivity calculation through the discrete

adjoint framework that involves the FFT operation,
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which is needed to define the objective function in fre-

quency domain, is also among the contributions of the

present work. The remainder of the paper is organized

as follows. Section 2 introduces the level set geome-

try representation, the vibroacoustic governing equa-

tions along with the immersed boundary formulation

and spatial and temporal discretizations. The optimiza-

tion problem as well as the sensitivity analysis using

the discrete adjoint method are introduced in section

3. Section 4 describes the numerical setup that is used

for the considered examples throughout the work. The

numerical examples are presented in section 5 where the

developed framework is applied for the optimization of

various vibroacoustic filter designs.

2 Theory and methods

2.1 Geometry representation

As the aim of this work is to perform structural opti-

mization for vibroacoustic design problems, it is nat-

ural to start by introducing the geometry representa-

tion. Throughout this work, the geometry is represented

by a scalar valued function s̄, i.e. a level set function,

which is used to identify the acoustic and structural

domains embedded inside the total computational do-

main Ω = Ωs ∪ Ωa as illustrated in figure 1(a). This

work follows the same geometry representation as used

in [19,23] meaning that the iso-level is chosen as the

zero-level of the level set function and hence, that the

following rule is used to determine acoustic and struc-

tural material phases

s̄(x) > 0, x ∈ Ωs (structural domain)

s̄(x) = 0, x ∈ Γas (interface) (1)

s̄(x) < 0, x ∈ Ωa (acoustic domain)

This allows for a versatile geometry description ca-

pable of representing complex geometries using the rule

given in equation 1 where positive level set values rep-

resent the structural domain and negative values iden-

tify the acoustic domain. Such an approach is especially

well-suited for acoustic-structure interaction problems,

where the zero iso-level of the function s̄ provides a clear

definition of the interface Γas between the two physical

domain.

2.2 Governing equations

The vibroacoustic system considered in this work con-

sists of plane stress linear elasticity and the linear acous-

tic wave equation formulated in the time domain as

shown in figure 2. In order to realize an efficient par-

allel modelling and optimization framework, we once

again emphasize that this work utilizes an immersed

boundary cut element method in which the solutions

to both physics are obtained in the entire computa-

tional domain Ω. This is achieved by application of a

fictitious domain approach in which, for the structural

domain, a void phase with low stiffness is defined in

the acoustic region Ωa. For the solution of the acous-

tic pressure in its fictitious domain (structural domain

Ωs), a rigid phase is defined by modifying the material

properties of the acoustic medium. To this end, consid-

ering a transient motion, the linear elasticity equation

governing the structural response is written as

ρs(x)
∂2u

∂t2
−∇ · σσσ(x) + ρs(x)αd

∂u

∂t
− (2)

∇ ·
(
βd
∂σσσ(x)

∂t

)
= 0 in Ω

u = 0 on Γsd (3)

ns · σσσ = 0 on Γsn (4)

ns · σσσ = pna on Γas (5)

where u is the displacement vector, p is the acous-

tic pressure, ρs(x) is the spatially varying density of

the solid, na is the normal vector pointing outwards

from the acoustic region likewise ns is the normal vec-

tor defined at the interface pointing outwards from the

structural domain. In order to reflect the loss mecha-

nism, the work also considers structural damping us-

ing the Rayleigh damping where αd and βd are the

usual Rayleigh damping parameters. Furthermore, the

spatially varying Cauchy stress vector σσσ(x) is defined

as σσσ = CCC (Es(x), ν) ϵϵϵ in which the constitutive matrix

CCC (Es, ν) is a function of the spatiallay varying Young’s

modulus Es(x) and the Poisson’s ratio ν and the strain

vector is defined as ϵϵϵ =
[
∂u1

∂x ,
∂u2

∂y ,
∂u1

∂y + ∂u2

∂x

]T
. More-

over, equation 3 defines the fully clamped condition

for the structure, equation 4 specifies the traction free

boundary condition whereas the coupling to the acous-

tic medium is realized through the condition given in

equation 5. For calculating the transient response of

the structure both in structural domain and in its void

phase (acoustic domain), the material properties of the

solid are altered as

Es(x) = α(x)Ẽs, ρs(x) = α(x)ρ̃s (6)

where the tilde superscript specifies the original mate-

rial properties and the parameter α(x) is a dimension-

less contrast parameter that is unity for the structural

domain and taken as 10−8 for the void phase of the

structure. The acoustic pressure on the other hand is
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s̄i > 0

s̄i > 0

Cut element

s̄i < 0

s̄i > 0

(a)

s̄(x) = 0

s̄(x) < 0

Ωs

Ωa

(b)

s̄(x) > 0

Fig. 1: An example level set function showing the embedded physical domains. (a) shows the rule that is used for

specifying different physical domains embedded with the level set function. (b) finite element mesh where white

color shows the uncut elements in the acoustic domain, gray color shows the uncut elements in the solid region

and the blue color shows the cut elements.

na · ∇p = 0

Γad

Γas

ΓadΓad Γsn Γsd
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Fig. 2: Schematic illustration of the coupled acoustic-structural system. Physical domains, the coupled interface

and the boundary conditions are showed.

governed by the transient Helmholtz equation which is

written as

1

Ka(x)

∂2p

∂t2
− 1

ρa(x)
∇2p = 0 in Ω (7)

na · ∇p = 0 on Γad (8)

na · ∇p = ρa
∂2 (ns · u)

∂t2
on Γas (9)

na · ∇p+
1

ca

∂p

∂t
=

2

ca

∂pin
∂t

on Γar (10)

where ρa(x) is the spatially varying density of the

acoustic medium, ca is the speed of sound in the acous-

tic medium. The spatially varying bulk modulus Ka(x)

for the acoustic domain is defined as Ka(x) = ρa(x)c
2
a.

The boundary conditions used in the current work for

the transient acoustic pressure solution are the hard

wall condition given in equation 8, the coupling bound-

ary condition for the acoustic domain written in equa-

tion 9 and the absorbing boundary condition given in

equation 10. The absorbing boundary condition is writ-

ten with a plane wave radiation where pin denotes the

transient incoming acoustic wave. Similar to the struc-

tural equation, the transient response of the acoustic

pressure is obtained in both the acoustic domain and

its rigid phase (structural domain) and is calculated by

changing the properties of the acoustic medium as

Ka(x) =
K̃a

α(x)
, ρa(x) =

ρ̃a
α(x)

(11)

The dimensionless contrast parameter α(x) is similar to

that used for the structural and takes the values of unity

for the acoustic domain and 10−8 for the rigid phase of

the acoustic solution. A complete illustration of the re-

sulting coupled acoustic-structure system considered in

this work is given in figure 2 along with all the used

boundary conditions. Note that the use of a single ficti-

tious scaling parameter for both stiffness and density is

known to cause issues with spurious modes in the ficti-

tious domains that can lead to unphysical phenomena.
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However, throughout extensive numerical experiments,

it was found that this did not pose any problems for

the proposed method and we have therefore decided to

use a single fixed fictitious domain parameter.

2.3 Discretization

This section describes the spatial and temporal dis-

cretizations for the coupled vibroacoustic system in-

troduced in the previous section The spatial discretiza-

tion is obtained using the standard continuous Galerkin

method [59] using Q4 elements and a special integration

scheme is employed for the cut elements and the cou-

pling interface, shown in blue and black, respectively, in

figure 1. In short, the utilized cut element approach em-

ploys over-integration using a Gaussian quadrature rule

for modelling the interface boundary through weighted

integration. To this end, a triangulation is carried out

in the identified cut Q4 elements to correctly place the

integration points in the sub-elements as well as on the

interface in order to integrate the coupling boundary

conditions, equations 5 and 9, inside the parent Q4 ele-

ment. The reader is referred to [19] for details regarding

all necessary integrals. The resulting semi-discrete form

of the coupled system then reads

Mv̈n +Cv̇n +Kvn = hn (12)

where M is the mass matrix, C is the damping ma-

trix and K is the stiffness matrix. The superscript n in

equation 12 denotes the current time step. The com-

bined state and load vectors, v and h, are given as

v =

[
u

p

]
, h =

[
0

g

]
(13)

where u and p are state vectors for structural displace-

ment and acoustic pressure solutions, respectively. The

vector g denotes the source vector for the acoustic equa-

tion which is active when the absorption boundary con-

dition (equation 10) is utilized for radiating a plane

wave. The weak form of the coupled system and the

identification of the individual element matrices given

in equation 12 are thoroughly described in [19].

For the temporal discretization, the current work

employs an implicit time stepping scheme, namely the

Newmark algorithm [39]. The method expresses the

first and the second time derivative of the solution vec-

tor v as

v̇n = a1v̇
n−1 + a2v̈

n−1 + a3
(
vn − vn−1

)
(14)

v̈n = −a4v̇n−1 − a5v̈
n−1 + a6

(
vn − vn−1

)
(15)

where the parameters a1 to a6 are the so-called New-

mark parameters. In order to derive final and complete

linear system of equations which is solved in order to

determine the solution vector vn for the current time n,

the definitions given in equations 14 and 15 are substi-

tuted into the semi-discrete form of the coupled system

(equation 12). The resulting equation reads

K̂vn = ĥn (16)

where K̂ is an effective stiffness matrix and ĥn is the

effective load vector, identified as

K̂ = K+ a6M+ a3C (17)

ĥn = hn +M
(
a4v̇

n−1 + a5v̈
n−1 + a6v

n−1
)
+

C
(
−a1v̇n−1 − a2v̈

n−1 + a3v
n−1
)

(18)

Furthermore, the Newmark parameters are identified as

a1 = 1− γ̃

β̃
, a2 =

(
1− γ̃

2β̃

)
∆t, a3 =

γ̃

β̃∆t
(19)

a4 =
1

β̃∆t
, a5 =

1

2β̃
− 1, a6 =

1

β̃∆t2

where ∆t is the time step size. The current work uses a

specific family of the Newmark algorithm [32] in which

the parameters β̃ and γ̃ are selected so that the em-

ployed time discretization becomes unconditionally sta-

ble. β̃ and γ̃ are given as

β̃ =
1

4
, γ̃ =

1

2
(20)

The presented work assumes the initial conditions v0

and v̇0 are zero which is a minor simplication com-

pared to [19]. The initial condition for the second time

derivative of the solution vector v̈0 is therefore found

by setting the v0 and v̇0 to zero in equation 12 and

solving the following equation

Mv̈0 = h0 (21)

To simplify notation when formulating the optimiza-

tion problem, the vectors of state variables and resid-

uals are collected in two single vectors Un and Rn,

respectively, which are given as

Rn =

rn1rn2
rn3

 , Un =

vn

v̇n

v̈n

 (22)

Here the individual residual vectors rn1 , r
n
2 and rn3 are

identified from the discretized coupled system given in
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the equations 14 to 18 as

rn1 = [K+ a6M+ a3C]vn − [a6M+ a3C]vn−1− (23)

[a4M− a1C] v̇n−1 + [a2C− a5M] v̈n−1 − hn

rn2 = v̇n − a1v̇
n−1 − a2v̈

n−1 − a3
[
vn − vn−1

]
(24)

rn3 = v̈n + a4v̇
n−1 + a5v̈

n−1 − a6
[
vn − vn−1

]
(25)

The solution of the coupled vibroacoustic system

has been implemented in C++ using the PETSc library

[10,9,11] for parallel data management. Moreover, the

parallel direct solver MUMPS [6,7] is utilized for the

solution of equation 16.

3 Optimization formulation

3.1 Design parameterization

Having established the physical model and how it is ca-

pable of handling arbitrary geometries, the next step

is to introduce the design parameterization. To achieve

this, a mathematical design variable, s, is introduced

and then tied to the previously defined level set func-

tion s̄ through the operations presented here. The de-

sign variable is, similar to the physical design field s̄,

defined on nodal points in the computational mesh and

is bound between zero and one as this allows for easy

use of the MMA optimizer, i.e.

0 ≤ s ≤ 1 (26)

Although this scaling is appropriate for the optimizer

used in this work, it can lead to mesh dependent speeds

at which the zero iso-level can change in one design
update. This can be alleviated by mapping the design

variable into a new variable s̃ which has the upper and

lower bounds corresponding to half the element size [48]

as

−0.5he ≤ s̃(s) ≤ 0.5he (27)

Lastly, a smoothing filter is applied to regularize and

stabilize the optimization process and to obtain the

physical design variable s̄. This is achieved by use of

PDE filter [36] with Neumann boundary conditions, i.e.

−r2∇2s̄c + s̄c = s̃c (28)

where r is the filter radius and the subscript c denotes

the variables that are defined in cell centers since the fil-

ter PDE is solved using a finite volume implementation.

Therefore two additional smoothing steps are implied

whenever the filter equation is applied due to interpola-

tions between nodes of the mesh and cell centers (from

s̃ to s̃c and from s̄c to s̄). Here it is noted that the

reason the filter PDE is solved with a finite volume im-

plementation is that with using a finite volume method,

a numerically stable result can be obtained with any fil-

ter radius value (it can even be set to zero). Finally, it

should be remarked that no length scale is imposed as

this is deemed outside the scope of the current work

since the focus is on broadband frequency control.

3.2 Optimization problem formulation

To control the structural and acoustic behavior over a

wide range of frequencies, we propose to cast the op-

timization problem in frequency space. This requires

that the temporal state response is transformed, which

is achieved through the fast Fourier transform (FFT)

yielding the vector of state variables in the frequency

domain, Um
f . Here superscript m refers to frequency

point and subscript f is used to distinguish the vector

from its temporal counterpart. Here it is noted that due

to the FFT operation, the state vector in frequency do-

main Um
f consists of complex numbers. Formally, the

discrete Fourier transform is defined as

Um
f =

N−1∑
n=0

Une−
i2π
N mn (29)

where i is the imaginary unit defined as i =
√
−1 and N

is the total number of time steps. Note that a Hanning

window is applied to the temporal signal before passing

it through the FFT and that the current work uses

the FFTW library [26]. The generic nested optimization

problem considered here can now be formulated as

min
s

Φ =

M∑
m=0

ϕm
(
Um

f (̄s)
)

(30)

s.t. Rn (̄s,Un(̄s)) = 0, for n = 0, 1, . . . , N

(31)

ψi

(
Um

f (̄s)
)
≤ 0, for i = 0, 1, . . . ,K (32)

smin ≤ s ≤ smax (33)

where Φ is the objective function defined in frequency

domain and M is the total number of discrete frequen-

cies that is considered in objective function. Moreover,

ψi

(
Um

f (̄s)
)
denotes the K additional constraint func-

tions considered for the optimization. The vector of de-

sign variables is denoted as s where smin and smax are

its lower and upper bounds (equation 26) which are set

as 0 and 1, respectively. The residual equations are re-

quired to be fulfilled at every design step, and is based

on the vector of physical design variables s̄ as seen from

the equation 31.
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The optimization problem stated in equations 30

to 33 is solved using the standard Method of Mov-

ing Asymptotes (MMA) algorithm [51]. Specifically, the

present work includes the parallel implementation of

MMA from [3].

3.3 Sensitivity analysis

Sensitivity information is required in order to utilize

a gradient based optimizer for solving the problem in

equations 30-33, and this section provides the neces-

sary details for a general discrete function defined in

the frequency domain based on a discrete temporal re-

sponse, i.e. Φ = Φ (Uf (U(̄s))). We remark that a com-

mon trend in time dependent sensitivity analysis is to

use the so-called semi-discrete adjoint approach, e.g.

[15], in which the problem is considered discrete in space

but continuous in time. However, the semi-discrete ap-

proach is not suitable for cases where the objective func-

tion is defined discretely in the frequency domain using

FFT. This is because the semi-discrete approach de-

rives the adjoint equation assuming the objective func-

tion is defined in time domain. This means that using a

discrete FFT cannot be incorporated within the semi-

discrete approach. Recently the work of [19] also showed

that even for pure transient optimization problems, the

semi-discrete method may not produce consistent sen-

sitivities which can result in gradients having wrong

signs. Hence, for calculating consistent and exact sen-

sitivities, the work utilizes a fully discrete sensitivity

analysis for calculating the gradient of the objective

function with respect to the design variable. However,

it should be noted that if a continuous Fourier trans-
form was used, the semi-discrete approach could still

be used in which both the temporal and the frequency

response are considered as continuous variables [58].

The derivation of the fully discrete sensitivity anal-

ysis is initiated with an augmentation of the objective

function by the residual equations and a vector of La-

grangian multipliers Λ. Moreover, note that summa-

tion of multiple frequencies have been left out in the

following to allow for a more condensed description,

but that extension to multiple frequencies is straight-

forward. The Lagrangian function L then reads

L = Φ (Uf (U(̄s))) +

N∑
n=0

ΛnRn (̄s,Un(̄s)) (34)

where it should be highlighted that the objective func-

tion is written as a function of discrete state variables in

the frequency domainUf which are an explicit function

of the discrete transient state variables U. Due to the

Newmark algorithm, similar to the state variables, the

vector of Lagrangian multipliers also consists of three

fields as

Λn =

λnλ̇n
λ̈n

 (35)

The derivative of the Lagrangian function with respect

to the physical design variable s̄ can now be written as

dL
ds̄

=

N∑
n=0

(
∂Φ

∂Uf

∂Uf

∂U

)n

︸ ︷︷ ︸
∂Φ
∂U

n

∂Un

∂s̄
+ (36)

ΛnT

[
∂Rn

∂s̄
+
∂Rn

∂Un

∂Un

∂s̄

]

The term
(

∂Φ
∂Uf

∂Uf

∂U

)n
on the right hand side of the

equation 36 is equivalent to the partial derivative of the

objective function with respect to the transient state

variable, i.e. ∂Φ
∂U

n
, which needs to contain the chain rule

describing the connection between frequency and time

domain. In order to calculate ∂Φ
∂U

n
, firstly the term ∂Φ

∂Uf

is calculated. Since Uf consists of complex numbers

defined in frequency domain, the partial derivative ∂Φ
∂Uf

also consists of complex numbers and the derivative is

therefore realized as

∂Φ

∂Uf
=

∂Φ

∂Uf,r
+ i

∂Φ

∂Uf,i
(37)

where the subscripts r and i denote the real and imag-

inary parts of a complex number. Since multiple fre-

quencies are included, one should in fact compute equa-

tion 37 for each frequency m in the considered range.

The term
∂Uf

∂U links the frequency domain to time do-

main. Since the applied discrete Fourier transform oper-

ation can be seen as a linear transformation, the partial

derivative
∂Uf

∂U describes the discrete Fourier transform

operation itself. Hence, the partial derivative of the ob-

jective function with respect to the transient state vari-

able ∂Φ
∂U

n
is rewritten as

∂Φ

∂U

n

=

(
∂Uf

∂U

T ∂Φ

∂Uf

)n

(38)

where
∂Uf

∂U

T
is simply the application of the inverse dis-

crete Fourier transform operation. The order of opera-

tions in equation 38 can be stated as the following two

steps: (1) calculate the partial derivative ∂Φ
∂Uf

and (2)

apply the inverse discrete Fourier transform operation

on ∂Φ
∂Uf

to obtain ∂Φ
∂U

n
, now defined in time domain. Re-

mark that the sensitivity expression becomes real after

application of the inverse FFT. For completeness, this
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process can be stated formally using the inverse discrete

Fourier transform as

∂Φ

∂U

n

=
1

N

N−1∑
m=0

∂Φ

∂Uf

m

e
i2π
N mn (39)

which also shows how multiple frequencies are included.

Having introduced the chain rule describing the link

between frequency and time domains, in order to con-

tinue the sensitivity analysis, the derivative of the La-

grangian function with respect to the physical design

variable (equation 36) is rewritten as

dL
ds̄

=

N∑
n=0

ΛnT ∂R
n

∂s̄
+

[
∂Φ

∂U

n

+ΛnT ∂R
n

∂Un

]
︸ ︷︷ ︸

=0

∂Un

∂s̄
(40)

Using the fact that the Lagrangian vector can be freely

chosen, the underlined part in the above equation is set

to zero to prevent the calculation of the partial deriva-

tive ∂Un

∂s̄ . This gives rise to the adjoint equation

∂R

∂U

T

Λ = − ∂ϕ

∂U
(41)

where the superscript n is dropped to highlight that

the adjoint problem in equation 41 contains the all time

steps considered. The partial derivative of the residual

vector with respect to the state variables ∂R
∂U has the

following general form for a linear set of residuals

∂R

∂U
=



AU0

0

BU0

1 AU1

1

. . .
. . .

. . .
. . .

BUN−2

N−1 AUN−1

N−1

BUN−1

N AUN

N


(42)

Here, the subscripts show the current time step and the

superscripts denote the corresponding state variables.

Sub-matrices in ∂R
∂U (equation 42) are written in general

form which considers a time integration scheme that

depends on the current time step and one previous time

step. From this fact, the residual function for a time

step n can be written as

Rn = AUn +BUn−1 (43)

Generally, as it can be seen from the above equation,

the sub-matrices A and B remain constant for each

time step and can be identified from the residual equa-

tions given in equations 23 to 25. Explicit definitions of

the sub-matrices A and B considering the Newmark al-

gorithm can be found in [19]. Moreover, the sub-matrix

A0 is easily identified from the initial conditions. Due

to the transpose operation applied on ∂R
∂U for the ad-

joint equation given in equation 41, the solution of the

adjoint equation is realized from reverse pseudo time

steps which are written as

(A)
T
ΛN = − ∂ϕ

∂U

N

(44)

(A)
T
ΛN−1 = − ∂ϕ

∂U

N−1

− (B)
T
ΛN (45)

...

(A0)
T
Λ0 = − ∂ϕ

∂U

0

− (B)
T
Λ1 (46)

After the adjoint equation is solved for the Lagrangian

variables Λn, the final sensitivity of the objective func-

tion is calculated as

dΦ

ds̄
= Λ0T

[
∂A0

∂s̄
U0

]
+

N∑
n=1

ΛnT

[
∂A

∂s̄
Un +

∂B

∂s̄
Un−1

]
(47)

Considering a Newmark time stepping scheme, the ex-

plicit definitions of the partial derivatives ∂A0

∂s̄ , ∂A
∂s̄ and

∂B
∂s̄ are given in [19]. As it can be seen from the gradi-

ent calculation in equation 47, state variables from the

solution of the transient coupled vibroacoustic system

needs to be stored in order to carry out discrete ad-

joint method for transient optimization problems. Al-

ternatively, a check-pointing scheme could be applied to

reduce memory usage at the cost of an additional for-

ward analysis. It is noted that the gradient calculation

given in equation 47 is only done for the cut elements

since the partial derivatives ∂A0

∂s̄ , ∂A
∂s̄ and ∂B

∂s̄ are zero

elsewhere.

The above sensitivity analysis provides the gradient

of the objective function with respect to the physical

design variable s̄, whereas the gradient with respect to

the mathematical design variable s is obtained from

application of the following chain rule

dΦ

ds
=

dΦ

ds̄

∂s̄

∂s̄c

∂s̄c
∂s̃c

∂s̃c
∂s̃

∂s̃

∂s
(48)

As it can be seen from the above chain rule, the par-

tial derivatives describe the link between the physical

design variable s̄ and mathematical design variable s.

The partial derivatives in the chain rule are applied in

reverse order in order to calculate the gradient of the

objective function with respect to the design variable
dΦ
ds . Here, the partial derivative ∂s̃

∂s describes changing

the bounds on the mathematical design variable, ∂s̃c
∂s̃

describes the interpolating s̃ from nodes to the element

centers, ∂s̄c
∂s̃c

is the chain rule regarding the employed
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PDE filter in which its implementation details are thor-

oughly given in [36] and ∂s̄
∂s̄c

describes the interpola-

tion operation from element centers to the nodes of the

mesh.

Here it is noted that, for each optimization case that

is considered for the current work, the calculated sensi-

tivities are checked against a first order finite difference

calculation. In the worst case, the difference between

the calculated sensitivity and the finite difference com-

putation was well below 0.1% since the utilized discrete

adjoint method always yields exact and consistent sen-

sitivities.

4 Numerical setup

Here, the numerical setup used for the optimization

of transient vibroacoustic filter designs is presented.

The section also introduces the objective function along

with the computational domain and material properties

that are used throughout the work. The goal of the op-

timization is to design a structure inside an acoustic

channel which acts as, at a certain frequency range, a

wave stopper while also allowing the incoming wave to

pass at a different predefined frequency set which will

be achieved with the internal reflections and the under-

lying acoustic-structural interactions. In order to define

the objective function which is used for the optimiza-

tion of acoustic filter designs for a wide frequency range,

a measure of transmission is needed to be defined. To

achieve this, after the transient response of the state

variables are obtained from the solution of the transient

coupled vibroacoustic system, the transmitted acoustic

pressure signal is integrated at the outlet of the consid-
ered acoustic duct as

p̂(t) =

∫
Γout

p(t) dΓ (49)

the frequency response of the transmitted acoustic pres-

sure is found by the discrete Fourier transform

p̂(f) = FFT (p̂(t)) (50)

and the transmission S(f) is then defined as

S(f) =
p̂(f)

p̂0(f)
(51)

where the subscript 0 denotes the transmitted acous-

tic pressure when there is no structure in the acoustic

duct which is calculated the same way as p̂(f). As it can

be seen from the above equation 51, when the value of

S(f) is unity for a particular frequency a full trans-

mission is achieved. Meaning that the recorded ampli-

tude of the transmitted acoustic pressure for an empty

acoustic duct at a certain frequency is equal to that of

an acoustic duct with a vibrating structure present in

it. Moreover when the value of S(f) is zero for a certain

frequency, there is no transmission realized compared to

the transmission of the empty duct. In other words, the

vibrating structure does not transmit acoustic pressure

towards to outlet of the duct.

In order to reflect the so-called pass-band and stop-

band regions in the considered frequency span, two ob-

jective functions are considered which are written as

Φ1 (Uf (U(̄s))) =

n2∑
f=n1

(S(f)− a)
2

a2
, a = 1 (52)

Φ2 (Uf (U(̄s))) =

n4∑
f=n3

(S(f)− b)
2

b2
(53)

where the minimization of the function Φ1 fits the fre-

quency response of the transmitted acoustic pressure

to that of an empty acoustic duct hence realizes a full

transmission in a frequency window defined between

n1 and n2. The minimization of Φ2 on the other hand

lowers the amplitude of the frequency response of the

transmitted acoustic pressure compared to the response

of an empty acoustic duct in a frequency range de-

fined between n3 and n4. The order of magnitude differ-

ence between the transmitted acoustic pressure in the

stop-band region and the empty acoustic duct is de-

fined by the parameter b in equation 53. The study on

the selection of b in order to realize an effective zero-

transmission and its effect on the overall optimization

performance are given in section 5.1. Remark that the

proposed functions in equations 52 and 53 were chosen

from several candidate functions as they performed best

for the filter design problem. Among the tested candi-

date formulations, we also tried to minimize the un-

weighted difference between S(f) and a together with

the difference between S(f) and b and an even sim-

pler approach in which S(f) was maximized for the

pass bands and minimized for the stop bands. How-

ever, none of these approaches worked as well as the

weighted least squares type formulation. Moreover, it

should be emphasized that solving dynamic problems

over wide frequency ranges presents a truly challeng-

ing design problem with many local minima due to the

non-convexity. Hence, there may be better problem for-

mulations available, but out of all the formulation inves-

tigated, the one presented next is the one that proved

best for the filter design problems.

In order to realize an optimization problem where

multiple objective functions are equally minimized, the

problem can be formally written in a so-called min-max
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formulation as

min
s

max{Φ1 (Uf (U(̄s))) , Φ2 (Uf (U(̄s)))} (54)

s.t. Rn (̄s,Un(̄s)) = 0, for n = 0, 1, . . . , N

0 ≤ s ≤ 1

However, since the min-max formulation is not differ-

entiable an additional variable is introduced and the

optimization problem is cast as a bound formulation as

min
s, z

z (55)

s.t. Rn (̄s,Un(̄s)) = 0, for n = 0, 1, . . . , N (56)

Φ1 (Uf (U(̄s))) < z (57)

Φ2 (Uf (U(̄s))) < z (58)

0 ≤ s ≤ 1 (59)

where the additional variable z is the upper bound for

the optimization. The formulation realizes the mini-

mization of the upper bound z where the objective func-

tions Φ1 and Φ2 are defined as constraints in the opti-

mization problem, hence effectively minimizing both Φ1

and Φ2. In what follows, the functions Φ1 and Φ2 are

therefore referred to as constraint functions. Note that

no external box constraints are imposed on z as this is

included using the internal bound variable in MMA.

A schematic illustration of the numerical setup for

the optimization of acoustic filter designs is given in

figure 3. As it can be seen from the figure, both top

and bottom boundaries of the acoustic duct are set as

hard-wall condition for the acoustic pressure while the

structure is considered to be clamped. For the acoustic

domain, both right and leftmost boundaries are treated

as absorbing conditions. The incoming acoustic plane

wave from the leftmost boundary is also shown in the

figure. In order to excite broad frequency range in the

coupled system, the incoming plane wave is realized as

a white noise with random acoustic pressure values be-

tween −1Pa and 1Pa. Moreover, the figure also illus-

trates an example filter shape at the rightmost bound-

ary (at the acoustic duct outlet) where the acoustic

transmission of the design S(f) is calculated in fre-

quency domain and a certain filter shape is applied to

it. Here it is noted that the presented filter shape in the

schematic illustration is given as an example. The work

considers various different filters for the optimization

which are presented in the following sections.

The overall calculation time for the considered cases

throughout the work is chosen as 0.02s as it can also be

seen from the incoming transient acoustic plane wave

plot given in figure 3. In order to adequately resolve the

coupled vibroacoustic problem in time, the time step

size is set to ∆t = 2 × 10−5s. The frequency content

E [Pa] ν ρs [kg/m3]

50× 106 0.4 1000

Table 1: Material properties considered for the struc-

ture.

ca [m/s] ρa [kg/m3]

343 1.21

Table 2: Material properties considered for the acoustic

domain.

of the white noise applied at the inlet of the acoustic

duct to excite broad frequency range in the system is

given in figure 4. As it can be seen from the figure, the

incoming acoustic wave has an approximately constant

energy content across all the frequencies present in the

signal.

For the optimization, the acoustic domain is taken

as air while the structure is considered to be a rubber-

like material. The material properties used for the struc-

ture and acoustic domains are listed in the tables 1 and

2, respectively.

As described in section 2.2, the work also considers

Rayleigh damping for structural damping. Damping for

structure is utilized both for the added stabilization of

modelling and the subsequent optimization and to re-

flect the loss mechanism of the real world. The Rayleigh

parameters αd and βd are calculated according to [45]

as

αd = 2ζ
ω1ω2

ω1 + ω2
(60)

βd = 2ζ
1

ω1 + ω2
(61)

here ζ is called the damping ratio and is taken to be ζ =

0.1. Moreover, the work assumes that the two natural

frequencies ω1 and ω2 are ω1 = 1600 2π rad/s and ω2 =

2200 2π rad/s. Throughout the work, the computational

domain given in figure 3 is meshed with structured quad

elements in which each element has an edge length of 2×
10−3m, i.e. a total of 12500 elements. For optimization,

the filter radius r is set to 8× 10−3m.

Throughout the work, the utilized MMA algorithm

for solving the optimization problem presented in equa-

tions 55 to 59 uses the asymptote parameters of 0.5,

0.7 and 1.2 which are used for controlling the initial

adaptation, decrease and increase of the asymptotes,

respectively. The penalty parameter which is used for

constraints in MMA algorithm is chosen as 1000. For

all of the optimization cases that are considered, the

work does not consider a specific stopping criteria. In-

stead, the optimization is simply run for a fixed number
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u = 0

na∇p = 0na∇p = 0
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Ωa Ωs
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u = 0

na∇p = 0na∇p = 0

Fig. 3: Schematic illustration of the optimization case for the design of acoustic filters showing the boundary

conditions of the optimization problem. Gray color shows the design domain. Incoming acoustic white noise and

an example desired filter shape at the outlet are also shown.
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Fig. 4: Frequency content of the incoming white noise

for the optimization of acoustic filters.

of iterations. This is simply choice is made due to the

following reasons. First, since the performance of the

design is extremely sensitive to the small design per-

turbations, as is the case for many dynamic optimiza-

tion problems [14], small oscillations in the constraint

functions occur throughout the optimization process.

Secondly, as we use the MMA z for the bound variable,

we do not have explicit control on the move limits for

the objective variable, which can also lead to oscillatory

behavior. Hence, the presented optimization results are

obtained using a fixed number of iterations. Moreover,

the considered optimization problem does not include a

volume constraint on the structure. Since, having only

a slab of solid material in the design domain does not

form a trivial answer to the optimization problem.

5 Numerical examples

To demonstrate the capabilities and limitations of the

proposed optimization framework, a series of numerical

experiments are conducted in order to examine the per-

formance of the chosen constraint function, the depen-

dence on initial configurations, its application to filter

design as well as a validation study using commercial

finite software. Remark that the final validation of the

proposed time-domain cut element optimization frame-

work and its optimization result is obtained by com-

paring the response to the result of a COMSOL anal-

ysis using a fully coupled vibroacoustic time harmonic

(steady state) simulation.

5.1 Constraint function study

The considered constraint function, i.e. equations 52

and 53, is first studied in order to illuminate the in-

fluence of the input parameters. As it is introduced in

the previous section 4, the pass-band and stop-band re-

gions for the constraint functions are controlled with

the parameters a and b, respectively. Minimizing the

constraint function Φ1 with having the a parameter as

unity fits the calculated transmission value S(f) of the

structure inside an acoustic duct to 1, effectively realiz-

ing full transmission in the considered frequency range.

Ideally, the parameter b on the other hand needs to be

set as 0 in order to realize zero transmission S(f) = 0

in the frequency range defining the stop-band region of

the filter that is considered for the optimization. How-

ever, as it can be seen from the equations 52 and 53,

an inverse weighting is utilized in the constraint func-

tions. Throughout our numerical experiments it has
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b Φ1 Φ2

1× 10−2 0.0455159 576902
1× 10−3 0.0455159 5.8754× 107

1× 10−4 0.0455159 5.8860× 109

Table 3: Calculated constraint values Φ1 and Φ2 for

various b parameters.

been found that the utilized inverse weighting provided

designs with superior performances compared to the de-

signs obtained using constraint functions without any

weighting. Hence, a small positive number is used for

the b parameter in order to avoid division by zero in the

constraint function Φ2. This section investigates the ef-

fect of the b parameter on the optimization and the final

performance of the optimized design.

Moreover, the section considers a low-pass acoustic

filter design for the study. The constraint function Φ1

defining the pass-band region operates on the frequen-

cies between 1000 Hz ≤ f ≤ 2500Hz. For the stop-band,

the constraint function Φ2 on the other hand is cho-

sen to be active on the frequencies between 2500 Hz <

f ≤ 4000Hz. Three different b parameters are selected

to carry out the study which are 1 × 10−2, 1 × 10−3

and 1 × 10−4. Remark that several additional values

of b were considered in our numerical experiments, but

were discarded as they led to poor numerical perfor-

mance. Further discussion of this follows at the end of

this section.

Figure 5a shows the initial configuration that is used

for the optimization. The physical design variables s̄

that specifies the initial design is obtained first by cal-

culating the following expression

sv = cos

(
r1πx

lx

)
cos

(
r2πy

ly

)
+ 0.1 (62)

where x and y are the nodal coordinates of the mesh in

the design domain, lx and ly is taken to be 0.1 and r1
and r2 is chosen as 7. After calculating sv, the mathe-

matical design variables s are obtained with the follow-

ing rule as

si =

{
0, if sv,i ≥ 0.01

1, if sv,i < 0.01
(63)

With applying the design parameterization described

in section 3.1, the physical design variables s̄ contain-

ing the initial design is obtained. Physically, the initial

design given in figure 5a can be considered as an in-

finitely long acoustic duct in the out of plane direction

where the two dimensional approximation realizes its

cross section view from the mid-section of the channel.

Figure 5b shows the desired acoustic low-pass filters

with the three different levels of stop-band in which

the transmission S(f) is to be fitted to the values of

1 × 10−2, 1 × 10−3 and 1 × 10−4. As it can be seen

from the figure, the initial configuration nearly has a

full transmission across the considered frequency range

of 1000Hz to 4000Hz. Table 3 lists the calculated con-

straint values for the initial configuration for each op-

timization case. As expected, since the same initial de-

sign is utilized and the parameter a is set to a = 1 for

each case, the values of Φ1 are the same. However, the

values of Φ2 increase two orders of magnitude for each

order of magnitude decrease in the b parameter. Since,

the constraint values Φ1 and Φ2 are inversely weighted

with the square of a and b, respectively.

The result of the comparative study is given the

figure 6. As it can be seen from the figures 6a to 6c,

although the optimized designs have highly complex

topologies, a similar trend can be seen in how the struc-

tures clustered inside the design domain for each case.

Also, due to the lack of feature size control in the op-

timization, minimum feature size is bound by the ele-

ment size used in the computational mesh which can be

seen in the thin connections and small island structures

present in the optimized designs. Interestingly, the opti-

mized low pass filter designs share little resemblance to

classical low-pass filters, in which the channel width is

extended for a short duration. Based on our numerical

experiments, we conjecture that the performance of the

optimized design relies on several, individual resonators

and reflectors. However, visualizing this phenomena us-

ing the transient, multi-frequency input signal is quite

difficult, if not impossible, and the reader is referred

to the post-validation in section 5.4 where a low pass

filter is analyzed in COMSOL using a time-harmonic

analysis.

The frequency responses of the optimized designs

can be seen in the figure 6d where the calculated trans-

mission S(f) at the outlet is plotted for all optimized

designs. It can be seen from the figure that the the cal-

culated transmission S(f) for each case respects the de-

sired low-pass filter shape for the considered frequency

range. However, as the parameter b is decreased for hav-

ing a lower transmitted acoustic pressure response at

the stop-band region, the resulted optimized designs’

performances for the transition between the pass-band

and stop-band regions also decrease. This effect can also

be seen in the presented constraint function values Φ1

and Φ2 for each optimized design in figures 6a to 6c

where the constraint values increased as the transmis-

sion value is decreased in the stop-band of the acoustic

filter. As it can also be seen from the presented con-

straint values, optimized designs’ Φ1 values actually end
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Fig. 5: Optimization for an acoustic low-pass filter design. (a) initial configuration used in the study. (b) Figure

showing the low-pass filters for the study where three different levels of transmission S(f) values are considered

for the stop-band of the filters which are 1 × 10−2, 1 × 10−3 and 1 × 10−4 (shown with black solid lines). Figure

also shows the transmission S(f) of the initial configuration with a dashed gray line.

up at higher values compared to the initial configura-

tion which is due to the transition between the pass-

band and stop-band regions for the considered low-pass

filter.

Overall, compared to the initial transmission given

in figure 5b, it can be seen from the figure 6d that

the developed optimization framework can successfully

tailor the frequency content obtained from the tran-

sient response of the coupled vibroacoustic system, ef-

fectively designing acoustic filters. Moreover, figure 6e

compares the averaged sound pressure level (SPL) val-

ues at the outlet of the acoustic duct for the consid-

ered frequency range. Compared to the SPL response

of the empty acoustic duct, the considered low-pass

filter shape can also be seen from the SPL values of

each optimized design. Here, the optimized designs have

nearly the same averaged SPL response with the empty

acoustic duct from 1000Hz to approximately 2250Hz

and after a sharp transition into the stop-band region,

transmission S(f) values of 1 × 10−2, 1 × 10−3 and

1× 10−4 roughly corresponds to the averaged SPL val-

ues of 20 dB, 0 dB and −20 dB for the stop-band region

of the low-pass acoustic filter, respectively. To demon-

strate what happens if choosing too small a value of b,

the same optimization setup is again considered with a

low-pass filter design where the b parameter is lowered

to b = 1× 10−5. Figure 8a shows the optimized design

where a similar trend is seen compared to the design

presented in figure 6c. However, as it can be seen from

the performance of the acoustic filter given in figure 8b,

optimization resulted in a low quality local-minimum.

Meaning that the optimized design fails to lower the

transmission to S(f) = 1 × 10−5 for the stop-band re-

gion of the considered low-pass filter. If, on the other

hand, b is increased the drop in SPL is too small to yield

a functioning filter. Thus, considering the SPL values

given in figure 6e and the corresponding performances

for each b parameter, b = 1× 10−3 is deemed the most

effective for optimizing acoustic filters within the devel-

oped framework and will be used for the remaining of

the work.

Finally, in order to illustrate the evolution of the

constraint functions’ (Φ1 and Φ2) throughout optimiza-

tion iterations, figure 7b, shows the constraint func-

tion history for the optimized design given in figure

6a. As it can be seen from the figure, the optimiza-

tion quickly gets the Φ1 to a stable level, which governs

the performance in the pass-band, and realizes a signif-

icant reduction in the constraint function Φ2 and thus

achieving a good performance in the stop-band. It is im-

portant to stress, that although the constraint function

history does contain noticeable oscillations, the design
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(a) Φ1 = 5.06428, Φ2 = 4.99466

(b) Φ1 = 10.3386, Φ2 = 10.5572

(c) Φ1 = 14.5365, Φ2 = 16.9208
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Fig. 6: Optimization for an acoustic low-pass filter design. (a) optimized design for b = 1 × 10−2. (b) optimized

design for b = 1 × 10−3. (c) optimized design for b = 1 × 10−4. (d) transmission of the optimized designs in the

considered frequency range. Black line is the desired low-pass filter, blue line is the response of the design shown

in Fig. 6a, orange line is the response of the design shown in Fig. 6b, green line is the response of the design shown

in Fig. 6c. (e) averaged SPL response of the designs calculated at the output, gray line is the empty acoustic duct,

blue line is the response of the design shown in Fig. 6a, orange line is the response of the design shown in Fig. 6b,

green line is the response of the design shown in Fig. 6c.
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Fig. 7: (a) Optimized level set function s̄ of the design given in figure 6a, also showing the zero iso-level of the

level set function from which the optimized design is obtained. (b) Constraint function history for the optimized

design given in figure 6a run for 400 iterations.

itself converges to the final topology within approxi-

mately 300 iterations. The oscillations are therefore a

consequence of the fact that even small changes in de-

sign can lead to significant changes in the constraint

functions , which as already stated is a known issue

with dynamics and structural optimization. To show

that the constraint oscillations are not a consequence of

an ill-defined level set function, i.e. a flat level set func-

tion for which even very small design variable changes

will lead to large changes in the physical design, figure

7a show the final level set function. From this figure

it is observed that the optimized level set function is

free of regions with flat slopes which shows that the

employed filtering is sufficient for the purpose of the

presented work. Note that the flat regions at the inlet

and outlet are by construction as these regions are non-

designable. Finally, remark that all of the presented op-

timization cases have very similar objective/constraint

function behaviours and for the sake of brevity, the con-

straint function history graph is only presented for one

example.

5.2 Initial guess study

This section carries out an initial guess study for the

optimization of acoustic filters. Instead of the low-pass

filter design that is presented in the previous section

5.1, the section considers the optimization of high-pass

acoustic filters. For the optimization, the constraint func-

tion Φ1 defining the pass-band of the high-pass filter

operates on the frequencies between 2500 Hz ≤ f ≤
4000Hz. Whereas, Φ2 for the stop-band region of the

high-pass filter is active between 1000 Hz ≤ f < 2500Hz.

The desired high-pass filter is given in figure 9d in which

the calculated transmission S(f) of the designs are to

be lowered to a value S(f) = 1×10−3 in the stop-band

region of the filter.



16 Cetin B. Dilgen et al.

(a)

1000 1500 2000 2500 3000 3500 4000

f [Hz]

10
-6

10
-4

10
-2

10
0

S
(f
)

(b)

Fig. 8: Optimization for an acoustic low-pass filter design. (a) optimized design for b = 1× 10−5. (b) transmission

of the optimized design in the considered frequency range. Black line is the desired low-pass filter, blue line is the

response of the optimized design.

For the current study, three different initial config-

urations will be considered. The first initial design is

the same that was used in the previous section. The

other two initial guesses are obtained with decreasing

the r1 and r2 parameters given in equation 62 from 7 to

r1, r2 = 6 and r1, r2 = 5, respectively. Decreasing the

parameters r1 and r2 reduce the total number of cir-
cle structures in the initial configuration while making

their size bigger.

Figures 9a to 9c presents the initial configurations

that are used for the optimization of acoustic high-pass

filters. As it is seen from the figures, initial structures

have sparsely clustered features in order to allow a high

transmission across the frequencies that are considered

in the high-pass filter given in figure 9d. Initial struc-

tures’ features become larger from figure 9a to 9c. The

figures also presents the constraint values Φ1 and Φ2

calculated with the initial designs where similar results

are obtained. This points out similar transmission re-

sponses between 1000Hz and 4000Hz for the initial con-

figurations.

Figure 9e presents the transmission S(f) responses

calculated at the outlet of the acoustic duct over the

considered frequency range. Here, the initial configura-

tions given in figures 9a and 9b resulted in transmis-

sion responses that closely follow each other between

1000Hz and 4000Hz where the calculated transmission

S(f) values are clustered around unity. Meaning that

the initial configuration for the first two cases allows

for nearly full transmission in the frequency range that

is considered for the optimization. Likewise, the initial

design given in figure 9c also allows for frequencies be-

tween 1000Hz and 2800Hz to pass. However, after ap-

proximately around 2800Hz, the last initial design has

a lowered transmission response as it can also be seen

from the figure 9e which corresponds to the pass-band

region of the considered high-pass acoustic filter.

The results of the optimization for the initial guess

study are presented in figure 10. Moreover, the opti-

mized designs can be seen in figures 10a to 10c which

are the optimized results of the initial designs given in

figures 9a to 9c, respectively. Here, the designs given

in figures 10a and 10b have a similar structure layout

where the optimized structures in the design domain

separated the domain roughly into three acoustic parti-

tions. Again, it is interesting to note that the optimized

high pass filters do not resemble classical designs with

short side branches to the main channel. Optimized de-

sign given in figure 10c resulted in the largest features

compared to the first two cases. Also, from the investi-

gation of the constraint values Φ1 and Φ2 given in fig-

ures 10a to 10c, it is seen that the first two optimized de-

signs successfully captured the high-pass filter response

whereas the last optimization failed in the pass-band
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(a) Φ1 = 0.0154458, Φ2 = 5.71289× 107

(b) Φ1 = 1.0096, Φ2 = 5.89415× 107

(c) Φ1 = 0.0573009, Φ2 = 5.71361× 107
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Fig. 9: Optimization for an acoustic high-pass filter design. Figures (a), (b) and (c) are the initial guess designs

utilized for the study. (d) Figure showing the desired high-pass filter. (e) transmission of the initial guess designs in

the considered frequency range, blue line is the response of the design shown in Fig. 9a, orange line is the response

of the design shown in Fig. 9b, green line is the response of the design shown in Fig. 9c.

region of the considered high-pass filter shape. This is

also visually shown in figure 10d where the calculated

transmission S(f) for each optimized design is plotted

over the considered frequency range. It can be seen in

the figure that the optimized designs given in figures

10a and 10b perform successfully as acoustic high-pass

filters with lowering the transmission to S(f) = 1×10−3

in the stop-band and, after a sharp transition around

2500Hz, realizing nearly full transmission in the pass-

band region of the high-pass filter.

Furthermore, the figure 10d also shows the response

of the design given in figure 10c in which the design

successfully realizes the stop-band of the high-pass fil-

ter. However, after the transition into the pass-band,

the design’s performance deteriorates as the calculated

transmission S(f) lowers in the pass-band. Figure 10e

compares the designs’ averaged SPL values at the outlet
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(a) Φ1 = 13.7815, Φ2 = 11.6695

(b) Φ1 = 9.31977, Φ2 = 10.0032

(c) Φ1 = 50.7457, Φ2 = 19.9735
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Fig. 10: Optimization for an acoustic high-pass filter design. (a) optimized design for the initial guess shown in

Fig. 9a. (b) optimized design for the initial guess shown in Fig. 9b. (c) optimized design for the initial guess shown

in Fig. 9c. (d) transmission of the optimized designs in the considered frequency range. Black line is the desired

high-pass filter, blue line is the response of the design in shown Fig. 10a, orange line is the response of the design

shown in Fig. 10b, green line is the response of the design shown in Fig. 10c. (e) averaged SPL response of the

designs calculated at the output, gray line is the empty acoustic duct, blue line is the response of the design shown

in Fig. 10a, orange line is the response of the design shown in Fig. 10b, green line is the response of the design

shown in Fig. 10c.
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of the acoustic duct for the considered frequency range

against the response of an empty acoustic channel. Here

for the optimized designs in figures 10a and 10b, the

SPL values in the stop-band are clustered around 0dB

and goes up to around 60dB in the pass-band with

closely following the response of an empty acoustic chan-

nel. The failure of the design given in figure 10c can also

be seen from the figure where the SPL values diverge

from the response of an empty acoustic channel in the

pass-band of the high-pass filter.

Overall, the developed transient optimization frame-

work for coupled vibroacoustic problems is successfully

applied for the design of acoustic high-pass filters. Ini-

tial configuration given in figure 9c resulted in a failed

design, which is most likely due to the fact that this

initial guess does not provide full transmission for all

considered frequencies. In other words, as the objective

is measured on the output, the sensitivity will be zero

if no signal is received at this port. This observation is

further strengthen as the initial configurations that al-

low nearly full transmission (Figs. 9a and 9b) across all

frequencies considered by the optimization, resulted in

efficient acoustic high-pass filters. The same behavior is

also seen in other works on filter design, see e.g. [2] on

the design of microwave waveguide filters.

5.3 Band-pass and band-stop acoustic filter designs

Having validated the proposed constraint function for-

mulation, this section concerns the design of specific

filter characteristics. The section firstly carries out the

optimization for the band-pass filter where the con-

straint function Φ1, defining the pass-band region of

the band-pass filter, operates on the frequencies be-

tween 2500 Hz ≤ f ≤ 4000Hz. Stop-band regions de-

fined by the constraint function Φ2 are considered in

the frequency window of 1000 Hz ≤ f < 2500Hz and

4000 Hz < f ≤ 5500Hz. Initial structure considered

for the optimization is the same as in the figure 9a

where the initial constraint values are listed here as

Φ1 = 0.0154458, Φ2 = 1.15859 × 108. Remark that the

two examples presented in this section are run for 800

iterations.

Figure 11a shows the optimized band-pass filter while

the transmissions S(f) of the optimized design and the

initial configuration are given in figure 11b. As it can

be seen from figure 11b, the initial configuration has

nearly full transmission across the frequencies 1000 Hz

to 5500Hz. The optimized design on the other hand

closely follows the desired band-pass filter shape. In-

terestingly, the optimized band-pass filter (Fig. 11a)

has a similar structural arrangement compared to the

high-pass filter in figure 10a and in which both designs

have similar transmission responses from 1000 Hz to

4000Hz for a high-pass filter shape. The current design

further tailors the frequency response of the coupled

system to realize an additional stop-band from 4000 Hz

to 5500Hz. Also, from the optimized design’s constraint

values given in figure 11a and the visual inspection of

the transmission response in figure 11b, it can be said

that the performance of the pass-band region is slightly

lowered compared to the designs presented in previous

sections. This is mainly due to the added complexity

of the optimization where an additional stop-band is

considered to realize a band-pass filter.

Figure 11c shows the calculated averaged SPL re-

sponse at the outlet of the acoustic channel, compar-

ing the optimized design and the empty acoustic chan-

nel. It can be seen from the figure that the optimized

design’s calculated SPL response at the outlet is clus-

tered around 0dB for the stop-band regions of the band-

pass filter. At the pass-band, the design’s SPL response

closely follow the SPL response of an empty acoustic

channel. Overall, the developed transient optimization

framework is shown to successfully tailor the frequency

response of the coupled vibroacoustic system with de-

signing an efficient acoustic band-pass filter.

The framework is lastly applied for the design of

a band-stop filter. The constraint function Φ1 for the

pass-band regions of the considered band-stop filter op-

erates on the frequency window of 1000 Hz ≤ f <

2500Hz and 4000 Hz < f ≤ 5500Hz. For the stop-band

region, the constraint function Φ2 is active between the

frequencies of 2500 Hz ≤ f ≤ 4000Hz. Again, the same

initial configuration as the previous band-pass filter op-

timization is utilized which resulted in initial constraint

values of Φ1 = 0.0552177, Φ2 = 5.8754× 107.

The optimized design is shown in figure 12a. More-

over, the desired band-stop filter shape along with the

transmissions S(f) of the optimized and initial designs

are given in figure 12b. When the optimized design is

compared to the low-pass filter design given in figure

6b, it can be said that the both designs have a simi-

lar performance between the frequencies from 1000 Hz

to 4000Hz with acting as an acoustic low-pass filter.

Overall, it can be seen in figure 12b that the initial

transmission S(f) is successfully tailored during the

optimization in which the optimized design’s response

closely follow the desired band-stop filter between the

frequencies of 1000 Hz to 5500Hz. The performance of

the optimized acoustic band-stop filter is also seen from

the averaged SPL values calculated at the outlet of the

acoustic channel which is given in figure 12c. The figure

shows that pass-band regions attains the overall 60dB

SPL response while the stop-band region of the filter

lowers the SPL response to approximately around 0dB.
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Fig. 11: Optimization for an acoustic band-pass filter design. (a) optimized design. (b) transmission of the optimized

design in the considered frequency range. Black line is the desired band-pass filter, blue line is the response of the

optimized design, gray dashed line is the response of the initial guess design. (c) averaged SPL response of the

optimized design calculated at the output, gray line is the empty acoustic duct, blue line is the response of the
optimized design.

As was the case with the previous optimization re-

sults, the optimized band-pass and band-stop filters

share little similarity to classical filter design, i.e. no

clearly distinguishable Helmholtz resonators, narrow slits,

channel extensions are seen.

5.4 Optimization and validation of an acoustic

low-pass filter

This section concerns the optimization of an acoustic

low-pass filter and aims to verify the performance of

the optimized design using a commercial software. In

order to achieve this, after the optimization is finished,

the obtained design is extracted and both solid and

acoustic regions are re-meshed using body-fitted, con-

forming meshes consisting of a total of 151460 trian-

gles with quadratic shape functions. This means that

even the smallest islands seen in the optimized designs

are meshed with several elements in order to ensure

proper capturing of the physics. It should also be noted

that, the optimized design is directly obtained from

the the physical design variable s̄ and no smoothing

operation has been applied on the interface before re-

meshing. The widely used commercial software COM-

SOL Multiphysics [55] is used for the validation, in

which the strongly coupled vibroacoustic problem is

solved on time-harmonic form. Thus, the displacement

and acoustic pressure degrees of freedoms in the body-

fitted mesh are only defined in their corresponding solid

and acoustic domains and only share the coupled in-

terface which is explicitly defined. That is, COMSOL

employs no ersatz material model or special integration
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Fig. 12: Optimization for an acoustic band-stop filter design. (a) optimized design. (b) transmission of the optimized

design in the considered frequency range. Black line is the desired band-pass filter, blue line is the response of the

optimized design, gray dashed line is the response of the initial guess design. (c) averaged SPL response of the

optimized design calculated at the output, gray line is the empty acoustic duct, blue line is the response of the

optimized design.

rules as is the case with the cut element method. More-

over, we should emphasize strongly that using time-

harmonics, i.e. a steady-state formulation, to post eval-

uate the performance of the optimized designs which

are obtained using a transient formulation, is a very

hard test to pass. That is, the transient optimization

problem implementation is likely to utilize any numer-

ical and/or physical artifact in the underlying model

in order to gain performance improvements. For the

problems at hand, this includes differences in loading,

exploitation of transients, constructive/destructive in-

terference, dissipation in the time-stepping scheme, etc.

None of these effects will be present in the time-harmonic

formulation.

As it has been thoroughly introduced in previous

sections, the transmission S(f) of the optimized design

is calculated with applying the FFT operation on the

transient response of the coupled system when the sys-

tem is excited with the incoming white noise realized as

pressure oscillations. In order to compare and validate

the calculated transmission S(f) of the design against

the body-fitted mesh analysis done in COMSOL, we

utilize a time-harmonic frequency domain analysis to

achieve the frequency-sweep where the system is ex-

cited with an incoming sinusoidal plane wave for each

frequency. This means that the system is solved at dis-

crete frequencies within the frequency range that is

considered by the optimization to realize steady-state

solutions at each frequency. The transmission S(f) is

then calculated at each discrete frequency and com-

pared against the one obtained with the developed tran-

sient framework. The rest of the boundary conditions
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considered in COMSOL are; both top and bottom bound-

aries of the acoustic channel are set as hard-wall con-

dition for the acoustic pressure while the structure is

considered to be clamped, the outlet of the acoustic

channel is set as an absorbing boundary and the cou-

pling boundary conditions are applied to both acoustic

pressure and displacement variables at the coupled in-

terface.

The acoustic low-pass filter is considered for the fre-

quency range of 500 Hz ≤ f ≤ 3500Hz where the pass-

band acts on the frequencies 500 Hz ≤ f ≤ 2000Hz and

the stop-band is defined on the window 2000 Hz < f ≤
3500Hz. The desired transmission for the stop-band is

considered as S(f) = 1 × 10−4 to be able to realize in

average four orders of magnitude decrease in the am-

plitude of the transmitted acoustic pressure compared

to that of an empty channel.

For optimization, the initial structure given in fig-

ure 5a is used which results in initial constraint values

of Φ1 = 0.0385819, Φ2 = 5.8394 × 109. These values

reflect nearly full transmission in the considered fre-

quency range which can also be seen from figure 13b

where the response of the initial guess design is plotted

on the desired filter shape.

The result of the acoustic low-pass filter optimiza-

tion is presented in figure 13 and figure 13a shows the

optimized design. Similarly to the previous optimiza-

tion studies, it can be seen that the optimized design

resulted in significant topological changes compared to

the initial configuration, i.e. several solid regions has

merged and some has completely disappeared. More-

over, figure 13b presents the calculated transmission

S(f) of the optimized design along with the transmis-
sion of the post-processed design obtained with fre-

quency domain calculation using COMSOL. As it can

be seen from the figure, the calculated transmission re-

sponse obtained using the transient framework with

the cut element method and the body-fitted analysis

done in frequency domain with COMSOL agrees well.

For both analysis methods, the calculated transmis-

sion response closely follows the desired pass-band and

stop-band regions. As expected, the transition from the

pass-band into the stop-band (around 2000Hz) causes a

slight decrease in the performance of the pass-band re-

gion. However, the design successfully lowers the trans-

mission to approximately around S(f) = 1 × 10−4 at

the stop-band. Despite the fact that the two analysis

method cannot be directly compared, we here quantify

the observed mismatch using an average error measure.

That is, the absolute difference in the average transmis-

sion < S(f) > between the transient cut element analy-

sis and the body-fitted mesh time-harmonic COMSOL

analysis is computed in the pass-band and stop-band

and denoted with (·)cut and (·)body, respectively.

| < S(f) >cut − < S(f) >body |pass = 0.107

| < S(f) >cut − < S(f) >body |stop = 2.237 · 10−4

where one should keep in mind that the pass-band has

unity as perfect transmission whereas the stop-band

should have a transmission of S(f) = 1×10−4. Return-

ing to the inspection of figure 13b, we remark that even

though the two analysis are performed with quite dif-

ferent modelling and analysis strategies, both methods

leads to qualitatively similar transmission responses. To

elaborate, the discrepancies in the responses of the tran-

sient and frequency domain methods can be explained

from the fact that, the frequency domain analysis re-

sults in steady-state solutions at each discrete frequency

whereas the developed framework utilizes a finite tran-

sient signal to calculate the transmission through the

FFT operation. Since the transient system is excited

with random pressure oscillations it would be computa-

tionally unreasonable to consider steady-state solutions

as this would be too time consuming. The difference in

modelling and analysis is therefore attributed the ma-

jority of the difference in response. Another factor that

can cause discrepancies in the response when compar-

ing two method is the meshing procedure in which when

the design is extracted from the zero iso-level of s̄ and

meshed with unstructured meshes, a slight alteration

of the interface is unavoidable. Overall, it can be said

that, when analyzed with more commonly used meth-

ods such as time-harmonic frequency domain methods

using body-fitted analysis, the optimized design also

shows a good performance as an acoustic low-pass fil-

ter.

Figures 14 and 15 present the corresponding SPL

and displacement magnitude, respectively, obtained from

the time-harmonic analysis of the optimized design us-

ing COMSOL. The figures consider two discrete fre-

quencies f = 1100Hz and f = 2900Hz for pass-band

and stop-band, respectively. Furthermore, figure 14a

shows the SPL field of the optimized design where the

pressure response is plotted at f = 1100Hz (at the

pass-band). As it can be seen from the figure, the de-

sign allows the incoming wave to pass resulting in ap-

proximately constant SPL response at around 110dB.

Corresponding displacement magnitude |u| [m] field is

plotted in figure 15a in which complex deflections of

the structure can be seen which means that the under-

lying acoustic-structural interactions are fully utilized

to realize the desired transmission behaviour of the de-

sign. On the other hand when the design is analysed at

f = 2900Hz (at the stop-band), as seen from figure 14b,

the incoming wave is stopped and the design realizes

SPL values of below 0 dB at the outlet of the acoustic
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Fig. 13: Optimization for an acoustic low-pass filter design. (a) optimized design. (b) transmission of the optimized

design in the considered frequency range. Black line is the desired low-pass filter, blue line is the response of the

optimized design, gray dashed line is the response of the initial guess design and the orange line is the COMSOL

calculation done in frequency domain with body-fitted analysis.

channel. Interestingly, as it is seen from the correspond-

ing displacement magnitude |u| [m] field in figure 15b,

the resulted deflections of the structure are at least one

order of magnitude smaller than the solution presented

at the pass-band. Meaning that the optimized design

acts as a wave stopper primarily because of the inter-

nal reflections and the underlying acoustic-structural

interactions play a smaller part.

Lastly, the optimized structure is further analysed

to asses the effects of small island inclusions on the over-

all performance of the design in terms of its low-pass

filter capabilities. In order to carry out the study, two

island parts of the design are selected where the first one

is the smallest and the other is relatively bigger part of

the overall design. Figure 16a shows the selected regions

where the each part is taken out in turn and the design

is analysed in time-harmonic frequency domain analysis

using COMSOL for the same selected frequency range

of 500Hz to 3500Hz while comparing the results to the

COMSOL calculation of the original design. The result

of the comparative study is given in figure 16b in which

it can be seen that excluding the smallest island part

of the design does not change the performance of the

design. This can be explained from the fact that at the

frequency range of 500Hz to 3500Hz, the wavelength of

air is significantly larger than the size of the considered

part. Thus, it does not make any difference if the part

is included in the design or not. Unsurprisingly, exclud-

ing the second part from the design results in significant

performance reduction especially in the stop-band re-

gion since the internal reflections of the channel gets

disturbed which results in lowered performance.

These extremely small island structures (like the

red colored part shown in figure 16a) also have been

consistently present in the previous optimization cases.

The lack of volume constraint together with the highly

non-convex nature of the optimization problem can be

considered as the biggest factors of these features since

the optimization becomes unbounded in the amount of

material that can be used while converging to a local

minima. They can also be attributed to the fact that

the utilized transient formulation with the FFT oper-

ation is prone to numerical noise which may generate

numerical and/or physical artifacts throughout the op-

timization. Once these small parts occur, the sensitivi-

ties are likely extremely small on their interfaces which

can make it hard for the optimizer to remove or move

them within the optimization iterations. It is important

to note that these small features can also adversely af-

fect the oscillatory behaviour of the objective function

history (see figure 7). Using a tight volume constraint

with a larger smoothing filter on the design variable
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can help to alleviate this problem. Utilization of mini-

mum length scales using e.g. geometric constraints [57]

and/or the robust design approach [53,8] should also

be considered for realizing designs for manufacturing.

6 Discussion and conclusion

The article presents the utilization of time-domain meth-

ods to realize wideband optimization in frequency do-

main. The developed framework carries out generalized

shape optimization of transient vibroacoustic problems

in which the optimization considers acoustic filter de-

signs. In order to achieve this, the objective and con-

straint functions are defined in frequency domain where

the FFT operation is utilized to obtain the frequency

response from the transient response of the coupled sys-

tem. Throughout the work, the level set approach is

utilized for the geometry description where its zero iso-

level specifies the interface between acoustic and struc-

tural domains. An immersed boundary method, i.e. the

cut element method, is employed for capturing the ge-

ometry which operates on a fixed background mesh.

The method uses a special integration scheme to ac-

curately resolve the interface between the two physics

without the addition of extra degrees of freedom to

the system. Hence, the employed cut element method

is suitable to include into the existing parallel FEM

frameworks with ease. Moreover, the work utilizes the

discrete adjoint method for carrying out the sensitiv-

ity analysis in order to calculate the gradients of the

constraint functions. The derivation of the sensitivity

analysis is kept general to allow for the inclusion of

different time integration schemes in which the han-

dling of the FFT operation is explained to be able to

define objective and constraint functions in frequency

domain. Furthermore, a study for the utilized optimiza-

tion formulation is carried out to assess the effect of the

inverse weighting that is used in the constraint func-

tion where a design of acoustic low-pass filter is con-

sidered. It has been found that having b = 1 × 10−3

for the constraint function Φ2 to realize the stop-band

region of the considered filter resulted in a relatively

sharp transition between the pass-band and the stop-

band, realizing an effective filter performance. The se-

lected b parameter also reduces the averaged SPL values

at the outlet of the acoustic channel to approximately

around 0dB in the stop-band. An initial guess study

is then carried out the determine the effect of differ-

ent initial configurations to the end design consider-

ing the optimization of an acoustic high-pass filters. It

has been illustrated that with using initial configura-

tions that allow for nearly full transmission in the fre-

quency range that is considered for the optimization,

efficient acoustic high-pass designs are obtained. The

outcomes from both the constraint functions and the

initial guess studies are then utilized in optimization

for more complex acoustic band-pass and band-stop fil-

ters. Here it is shown that the proposed optimization

formulation is capable of producing filters with up to 60

dB difference between pass-bands and stop-bands. Fur-

thermore, the result of the time-harmonic, steady-state

COMSOL validation study demonstrate the applicabil-

ity of the developed transient framework for broadband

applications considering coupled vibroacoustic systems.

Overall, the developed transient optimization frame-

work is shown to successfully tailor the frequency re-

sponse of the coupled vibroacoustic system for the de-

sign of acoustic band-pass and band-stop filters. The

presented work will pave the way for the optimization

of acoustic devices to realize efficient wideband opera-

tion.

The proposed optimization framework presents sev-

eral interesting directions which should be investigated

in greater detail. The choice of constraint functions, es-

pecially their scaling, should be further examined. Al-

though the proposed constraint functions leads to work-

ing filters with controllable characteristics, it would be

desirable to determine constraint functions that results

in less oscillations over the duration of the optimization

process. One could also consider continuation schemes

to remedy this issue, e.g. schemes in which the design

variable move limits are tightened as the optimization

progresses. This would also allow to include a better

stopping criteria based on the constraint function evo-

lution and the physical design change. It would also

be interesting to expand the design parameterization

to include manufacturing requirements. This includes

imposition of minimum length scales using e.g. geo-

metric constraints [57] or the robust design approach

[53,8]. Moreover, extension to 3D and treatment of the

freely flying structures must also be addressed before

manufacturing and application to industrially relevant

problems. The latter could be done through the inclu-

sion of additional connectivity constraints such as non-

zero structural eigenfrequency requirements, the virtual

temperature method or similar approaches.

Replication of results

For replicating the presented examples, all necessary in-

formation is given in the corresponding sections. More-

over, the code can be obtained from the authors upon

reasonable request.
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(a)

(b)

Fig. 14: COMSOL calculation of time-harmonic frequency domain analysis of the optimized design for the acoustic

low-pass filter showing the sound pressure level [dB] contours of the design. (a) The steady state result from the

pass-band at f = 1100Hz. (b) The steady state result from the stop-band at f = 2900Hz.

(a)

(b)

Fig. 15: COMSOL calculation of time-harmonic frequency domain analysis of the optimized design for the acoustic

low-pass filter showing the displacement magnitude |u| [m] contours of the design. (a) The steady state result from

the pass-band at f = 1100Hz. (b) The steady state result from the stop-band at f = 2900Hz.
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Fig. 16: (a) Figure shows the locations of the modifications to the design. The first modification is the red colored

island is removed and the rest of the structure (including the green colored part) is analyzed. The second one is

the green colored part is removed and the rest of the structure (including the red colored part) is analyzed. (b)

Transmission of the structure in the considered frequency range where black line is the target low-pass filter, blue

line is the response of the original design, red dashed line is the response of the first modified design and the

green line is the response of the second modification. All calculations have been done using COMSOL in frequency

domain with body-fitted analysis.
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