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ABSTRACT

Contrastive cross-modality pretraining has recently exhibited
impressive success in diverse fields, whereas there is lim-
ited research on their merits in speech emotion recognition
(SER). In this paper, we propose GEmo-CLAP, a kind of
gender-attribute-enhanced contrastive language-audio pretrain-
ing (CLAP) method for SER. Specifically, we first construct
an effective emotion CLAP (Emo-CLAP) for SER, using pre-
trained text and audio encoders. Second, given the significance
of gender information in SER, two novel multi-task learning
based GEmo-CLAP (ML-GEmo-CLAP) and soft label based
GEmo-CLAP (SL-GEmo-CLAP) models are further proposed
to incorporate gender information of speech signals, forming
more reasonable objectives. Experiments on IEMOCAP indicate
that our proposed two GEmo-CLAPs consistently outperform
Emo-CLAP with different pre-trained models. Remarkably,
the proposed WavLM-based SL-GEmo-CLAP obtains the best
WAR of 83.16%, which performs better than state-of-the-art
SER methods.

Index Terms— Speech emotion recognition, contrastive
language-audio pretraining, gender-attribute-enhanced

1. INTRODUCTION

As one of the crucial parts in human-machine interaction, speech
emotion recognition (SER) has garnered widespread attention of
researchers cross academia and industry [1].

Over the previous decade, with tremendous progress of deep
learning techniques, numerous deep neural network (DNN)
based SER methods [2, 3] have been proposed and achieved
better performance compared with traditional SER methods.
However, the SER field still faces one critical issue which is the
lack of sufficient available dataset [4], since collecting and anno-
tating speech emotion data is expensive and time-consuming. To
this end, several attempts have been made [5–7] to utilize self-
supervised learning (SSL) based pre-trained models to achieve
emotion recognition. For instance, chen et al. [5] introduced
three fine-tuning approaches to optimize the Wav2Vec 2.0 [8] for
SER. Morais et al. [6] presented a novel upstream-downstream

† denotes the corresponding author.

architecture based modular SER system, which used Hubert [9]
and Wav2Vec 2.0 based SSL features for emotion recognition.
Gat et al. [7] proposed a gradient-based adversarial learning
framework which normalized the voiceprint information from
Hubert features for better recognition performance.

Despite obtaining impressive performance, these approaches
still have several flaws. First, these methods generally adopt su-
pervised learning based methods to fine-tune pre-trained mod-
els, while neglecting research on contrastive learning based ap-
proaches. Second, these methods overlook gender information
of speech signals, which has a significant impact on SER.

Hence in this work, we delve into contrastive learning based
speech emotion modeling approaches, and introduce GEmo-
CLAP which is a kind of gender-attribute-augmented contrastive
language-audio pretraining (CLAP) method for SER. The main
contributions are three-fold. First, we build a baseline emo-
tion CLAP (Emo-CLAP) that employs contrastive learning to
uncover feature representations across various data pairs. As
shown in the Fig. 1, the proposed Emo-CLAP can leverage
pre-trained audio and text encoders, enabling the alignment
of features from these two modalities into approximately the
same feature space. Second, considering the importance of
gender information for SER, we further propose a novel multi-
task learning based GEmo-CLAP (ML-GEmo-CLAP) and a
novel soft label based GEmo-CLAP (SL-GEmo-CLAP), which
integrate gender and emotion information of speech signals.
In this way, the proposed two GEmo-CLAPs can form more
reasonable objectives, thereby enhancing their recognition per-
formance. Third, we perform experiments on the challenging
IEMOCAP [10] corpus to verify the effectiveness of our pro-
posed CLAP-based methods, using one pre-trained text encoder
Roberta [11], as well as four pre-trained audio encoders, i.e.,
Wav2vec 2.0, Hubert, WavLM [12], and Data2vec [13]. Results
show that our proposed two GEmo-CLAPs consistently out-
perform the baseline, while also achieving the best recognition
results as opposed to state-of-the-art (SOTA) SER approaches.

To the best of our knowledge, this study marks the first sys-
tematic utilization of contrastive cross-modality pretraining to
achieve SER. Besides, we aspire for this work to serve as a cor-
nerstone for large-scale generative speech models applicable to
text-to-speech synthesis or voice conversion task.
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2. RELATED WORK

2.1. Speech Emotion Recognition
SER aims to identify the emotional state of different speakers
based on their speech signals, which has been widely employed
in various practical scenarios [1]. Although current SOTA DNN-
based SER systems [2–7] have achieved great performance,
there are still several knotty problems need to be solved. First,
from the aspect of data, the collection and annotation of speech
emotion data is difficult than the collection of image and text
data, which means trained SER models will inevitably encounter
unseen data during deployment, thus placing high demands on
the overall performance of SER methods. Second, from the per-
spective of attribute distribution of speech signals, there are too
many mutually influenced speech attributes (emotion, speaker,
gender, language, and etc) in human speech [14], which pose
great challenges on speech emotion modeling.

2.2. Contrastive Cross-modality Pretraining
Contrastive cross-modality pretraining methods have recently
been extensively applied in the various fields [15–18]. Taking
a comprehensive view, all of these methods strive to acquire
versatile visual-linguistic or acoustic-linguistic features via con-
trastive learning. For example, Radford et al. [15] first proposed
a novel contrastive language-image pretraining model that learns
directly from raw texts about images, which can loosen the
restricted supervision of traditional gold-labels. Afterward,
Elizalde et al. [16] and Wu et al. [17] presented two contrastive
learning based language-audio pretraining methods to achieve
a unified feature representation of audio and text modalities.
Meng et al. [18] introduced a contrastive acoustic-linguistic
module to capture style-associated text features to improve the
speaking style of text-to-speech systems.

3. METHODOLOGY

3.1. Emo-CLAP
Unlike previous studies that employed CLAP for retrieval tasks,
this work casts CLAP for the classification task, namely SER.

3.1.1. Training Phase of Emo-CLAP

During training, our proposed Emo-CLAP aims to minimize the
distance between paired data within the same class and maxi-
mize the distance between data pairs of different classes via con-
trastive learning, which is depicted in Fig. 1.

In detail, assume input audio-text data pairs are {Xa
i , X

t
i},

where i ∈ [0, N ] and N is the batch size. During training, Emo-
CLAP first extract the text features F t and audio features F a via
pre-trained audio encoder fa(·) and text encoder ft(·):

F a = fa(X
a); F t = ft(X

t); (1)

where F a ∈ RN×T×Da , F t ∈ RN×L×Dt , T and Da are the
time length and hidden state dimension of speech signal, L and
Dt are the sequence length and hidden state dimension of text.

Fig. 1: Overview of the proposed Emo-CLAP model.

Next, we apply mean pooling on the temporal dimension of
F a to get processed audio features F̄ a ∈ RN×Da , and use the
first element of each sequence of F t as processed text features
F̄ t ∈ RN×Dt . Then, two multi-layer linear projection modules,
i.e., MLPa(·) and MLPt(·) are designed to bring the processed
audio and text features into a joint multi-modal space with the
same dimension of D, and their corresponding similarity matri-
ces Ca and Ct are measured as:

Ea = MLPa(F̄
a); Et = MLPt(F̄

t) (2)

Ca = εa × (Ea · EtT ); Ct = εt × (Et · EaT ) (3)

where Ea ∈ RN×D and Et ∈ RN×D denote captured audio and
text embeddings, εa and εt are temperature hyper-parameters.

Afterward, Kullback-Leibler divergence based contrastive
loss (KL-loss) is used to train Emo-CLAP with the guidance
of the inputs’ emotional ground truth matrix Me ∈ RN×N . It
is noteworthy that if true labels between different data pairs
are identical within the same batch, their corresponding ground
truths are set to 1. Otherwise, their ground truths are set to 0.
Therefore, the final total loss of Emo-CLAP is defined as:

LTotal=
1

2
(KL(l S(Ca), S(Me))+KL(l S(Ct), S(Me))) (4)

KL(P ||Q) =
∑
i,j

P (i, j) log
P (i, j)

Q(i, j) (5)

where S(·) denotes softmax function, l S(·) denotes log softmax
function, i and j represent the indexes of the row and column of
the two-dimensional matrix.

3.1.2. Inference Phase of Emo-CLAP

During inference, we first build natural language supervi-
sions TC = {TC1, ..., TCN} based on emotion classes C =
{C1, ..., CN}. Then, for a given audio data X̃a, its category is



the best match between its embeddings and natural language su-
pervision embeddings TCi, computed by their cosine similarity.

3.2. GEmo-CLAP

Instinctively, the gender information is beneficial for speech
emotion modeling, since the speech signals of male and female
generally manifest considerable disparities in terms of pitch,
tone, energy, and so forth.

Therefore, we further optimize the baseline Emo-CLAP and
propose two GEmo-CLAP approaches, i.e., ML-GEmo-CLAP
and SL-GEmo-CLAP, which integrate the gender and emotion
information of given speech signals, as outlined below in detail.

3.2.1. ML-GEmo-CLAP

In order to leverage the gender attribute of speech signals, we
first propose a novel ML-GEmo-CLAP model, which employs
multi-task learning to incorporate gender information into Emo-
CLAP. Its overall architecture is illustrated in Fig. 2.

Fig. 2: Overview of the proposed ML-GEmo-CLAP model.

To be specific, our proposed ML-GEmo-CLAP mainly con-
sists of two parts, which are the audio pipeline and shared text
pipeline. Overall, the proposed ML-GEmo-CLAP is trained via
multi-task learning on top of the baseline Emo-CLAP. As a re-
sult, its final loss LMTotal

can be defined as:

LMTotal
= αeLETotal

+ (1− αe)LGTotal (6)

where LETotal
is the KL-loss of emotion attribute, LGTotal

is the
KL-loss of gender attribute, αe is a parameter to adjust LETotal

and LGTotal
. In our case, αe is basically set to 0.8 or 0.9.

As a consequence, with a more reasonable objective, the pro-
posed ML-GEmo-CLAP model is capable of enhancing its SER
performance.

3.2.2. SL-GEmo-CLAP

Although ML-GEmo-CLAP can effectively utilize gender and
emotion information of human speech, its training requires more
computational resources than the baseline Emo-CLAP, which

limits its usage to some extent. Thus, we further present a novel
SL-GEmo-CLAP model based on Emo-CLAP, which leverages
gender and emotion attributes of speech signals to create a more
reasonable ground truth matrix M . Fig. 3 displays its overall
architecture.

Fig. 3: Overview of the proposed SL-GEmo-CLAP.

More precisely, if the gender categories of different data
pairs in the same batch are identical, their corresponding gender
ground truth are designated as 1. Conversely, their value are set
to 0. Thus, the final ground truth matrix M is formulated as:

M = αeMe + (1− αe)Mg (7)

where αe is a hyper-parameter to adjust and scale Me and Mg .
In our case, αe is normally set to 0.8 or 0.9.

Accordingly, with a more feasible ground truth matrix, the
proposed SL-GEmo-CLAP is able to improve its recognition
performance as well.

4. EXPERIMENTS

4.1. Experimental Settings

4.1.1. Databases

As one of the most challenging corpora in SER, IEMOCAP is
composed of five sessions, each involving speech from one male
and one female speakers.

In this work, we likewise select four categories (angry,
happy+excited, sad, and neutral) which is the same as recent
studies to make fair comparisons. In addition, a standard 5-fold
cross-validation is adopted to evaluate our proposed methods,
with one session left out as the test set in each fold.



Table 1: Overall results of our proposed Emo-CLAP, ML-GEmo-CLAP, and SL-GEmo-CLAP on IEMOCAP.

Model Text Encoder Audio Encoder WAR UAR

Emo-CLAP Roberta-base
Data2vec-large 75.86 77.71
Wav2vec2-large 77.91 80.78

Hubert-large 79.57 80.64
WavLM-large 79.28 81.12

ML-GEmo-CLAP Roberta-base
Data2vec-large 77.52 (+1.66%) 80.19 (+2.48%)
Wav2vec2-large 79.96 (+2.05%) 82.94 (+2.16%)

Hubert-large 80.94 (+1.37%) 82.30 (+1.66%)
WavLM-large 80.94 (+1.66%) 82.30 (+1.18%)

SL-GEmo-CLAP Roberta-base
Data2vec-large 77.03 (+1.17%) 79.72 (+2.01%)
Wav2vec2-large 80.25 (+2.34%) 81.80 (+1.02%)

Hubert-large 80.94 (+1.37%) 82.15 (+1.51%)
WavLM-large 81.43 (+2.15%) 83.16 (+2.04%)

4.1.2. Implementation Details

In all experiments, we use Adam to optimize our proposed
CLAP-based methods with an initial learning rate of 2e-5 and a
batch size of 32. All models are trained for 80 epochs within the
PyTorch framework. Besides, for evaluating metrics, we employ
weighted average recall (WAR) and unweighted average recall
(UAR) to verify the recognition performance of SER methods.

4.2. Results and Analysis

4.2.1. Recognition Comparison of SOTA SER Approaches

First, we compare the recognition performance of our proposed
CLAP-based methods with SOTA SSL-based SER approaches.

Table 2: Recognition comparison of SOTA SER methods on
IEMOCAP. A and T are audio and text modalities, respectively.

Model Modalities UAR WAR
Wav2vec2-PT [4] A - 67.20

UDA [6] A 77.76 77.36
TAP [7] A 74.20 -

KS-Transformer [19] A + T 75.30 74.30
W2B-CA-Aux [20] A + T 79.71 78.42

BAM [21] A + T 77.00 75.50
MMER [22] A + T - 81.20

SA-CNN-BLSTM [23] A 82.80 81.60
CNN-CasA-Tri [24] A 82.67 82.68
Emo-CLAP (Ours) A + T 81.12 79.28

ML-GEmo-CLAP (Ours) A + T 82.30 80.94
SL-GEmo-CLAP (Ours) A + T 83.16 81.43

From Table 2, we can observe that all of our proposed meth-
ods achieve superior recognition performance compared with
SOTA SER methods, which validates the effectiveness of our
proposed methods. Notably, the proposed SL-GEmo-CLAP ob-
tains the best WAR of 81.43%, which outperforms other SOTA
SER approaches.

4.2.2. Comparison of Our Proposed CLAP-based Approaches

Then, we compare the performance of the proposed three CLAP-
based methods on IEMOCAP, which is illustrated in Table 1.

It can be easily seen that both SL-GEmo-CLAP and ML-
GEmo-CLAP consistently perform better than the baseline
Emo-CLAP, which proves the effectiveness and robustness of
our gender-attribute-enhanced strategy. In addition, SL-GEmo-
CLAP and ML-GEmo-CLAP exhibit similar performance. Take
WavLM-based models as an example. Our Emo-CLAP obtains
the the best UAR of 81.12% and the secondary best WAR of
79.28%. In contrast, the proposed ML-GEmo-CLAP attain the
best WAR of 80.94% and the secondary best UAR of 82.30%,
which performs better than Emo-CLAP by 1.66% and 1.18%.
Meanwhile, the proposed SL-GEmo-CLAP achieves the best
WAR of 81.43% and the best UAR of 83.16%, which outper-
forms the baseline by 2.15% and 2.04%.

4.2.3. Comparison of Different Audio Encoders

Third, we compare and analyze the performance of different pre-
trained audio encoders within our proposed CLAP-based SER
architecture.

As can be observed in Table 1, when using the pre-trained
Roberta-base model as the text encoder, the WavLM-based
CLAP approaches generally obtain the best recognition results
under all paradigms. In addition, Hubert-based CLAP methods
achieve the secondary best recognition performance. Further-
more, Wav2vec2-based CLAP methods normally perform better
than Data2vec-based CLAP methods.

5. CONCLUSIONS

In this study, we introduce GEmo-CLAP, which is a kind of
gender-attribute-enhanced contrastive language-audio pretrain-
ing method. To be precise, a baseline Emo-CLAP model is first
built, which is able to leverage pre-trained models from both
audio and text modalities. Then, two novel ML-GEmo-CLAP
and SL-GEmo-CLAP are further proposed, that incorporate gen-
der information to form more reasonable objectives. Extensive
experiments on IEMOCAP show that our proposed SL-GEmo-
CLAP and ML-GEmo-CLAP consistently outperform the base-
line Emo-CLAP, while also obtaining the best recognition results
as opposed to SOTA SER methods.
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