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Abstract

One of the primary goals in spectrum occupancy mapping is to create a system that is robust

to assumptions about the number of sensors, occupancy threshold (in dBm), sensor noise, number of

emitters and the propagation environment. We show that such a system may be designed with neural

networks using a process of aggregation to allow a variable number of sensors during training and

testing. This process transforms the variable number of measurements into approximate log-likelihood

ratios (LLRs), which are fed as a fixed-resolution image into a neural network. The use of LLR’s

provides robustness to the effects of noise and occupancy threshold. In other words, a system may be

trained for a nominal number of sensors, threshold and noise levels, and still operate well at various

other levels without retraining. Our system operates without knowledge of the number of emitters and

does not explicitly attempt to estimate their number or power. Receiver operating curves with realistic

propagation environments using topographic maps with commercial network design tools show how

performance of the neural network varies with the environment. The use of very low-resolution sensors

in this system can still yield good performance.
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ing, robustness

Manuscript received: February 14, 2023. The authors gratefully acknowledge joint funding by the National Science Foundation

SpectrumX Center under AST-2132700, and Intel under ECCS-2002921.

A. Termos was with the Department of Electrical Engineering, University of Notre Dame, Notre Dame, IN, 46556 USA

(e-mail: atermos@alumni.nd.edu). He is currently with Qualcomm Technologies Inc. in San Diego.

B. Hochwald is with the Department of Electrical Engineering, University of Notre Dame, Notre Dame, IN, 46556 USA

(e-mail: bhochwald@nd.edu)

ar
X

iv
:2

21
2.

10
44

4v
2 

 [
ee

ss
.S

P]
  1

1 
Fe

b 
20

23



2

I. INTRODUCTION

Spectrum occupancy mapping is the process of identifying occupied frequency bands using

power measurements from distributed sensors, where the occupancy maps are decisions of

whether power (in dBm) exceeds a threshold in various locations over an extended region, not

just where the sensors are. In this work, we form these maps without estimating signal power or

emitter locations directly, with the goal of creating a system that is robust to assumptions about

the propagation environment, number of sensors and emitters, occupancy threshold, and sensor

noise.

A. Background

Classical methods for estimating power maps from which occupancy can be derived often

postulate models that describe the sensor measurements from a set of emitters. These methods

are largely parametric, and attempt to solve the inverse problem of finding the emitters from

the measurements. The solutions are developed under simplified path loss relationships between

sensors and a single emitter, such as free-space [1], or log-normal shadowing [2, 3]. Multiple

emitters in free-space are handled using a maximum-likelihood-based approach [4] provided that

the number of emitters is known. When the number of emitters is not known, compressive sensing

approaches are used [5, 6], where the emitter locations and powers are found simultaneously.

However, these methods are not robust to emitter numbers, or locations, which are assumed to

be sparse, and perform poorly in complex propagation environment due to violations of their

recoverability conditions.

On the other hand, non-parametric methods use interpolation techniques in which the power

level at any location is represented as a linear combination of the measurements. Examples

of such methods include inverse-distance weighting [7, 8], K-nearest neighbors (K-NN) [9],

radial basis function interpolation [10] and Kriging [11]. For a detailed discussion of classical

methods, see [10]. Such methods are generally sensitive to emitter powers, locations, number,

and the propagation environment, as they rely on statistical, not physical, relationships. The

appeal of such classical methods is that they do not need to be trained and work well when the

model matches the real environment.

When an accurate model cannot be prescribed, neural networks can address the problem of

determining power maps from sensor measurements. Deep neural networks have been demon-

strated to learn power maps constrained to a single unknown emitter when sensor data is acquired
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Fig. 1: A neural network-based system for producing decision maps from sensor measurements. The portion on the right

aggregates sensor measurements into fixed-resolution input images and produces decision maps, also in the form of an image,

using a neural network. The portion on the left supervises the training with sensor measurements and their corresponding

occupancy maps for optimizing the loss function. The dashed traces indicate information flow during training.

using a parametric forward model [12], ray-tracing [13], or measurement campaigns [14]. Many

of these early efforts look at only a small number of emitters in the same band. Training and

testing are then often done with a single emitter [15], or less than three emitters [16, 17]. A larger

number of emitters is tackled in [18, 19] by assuming that the power spectra of the emitters

do not completely overlap in frequency. The neural network task is then reduced to computing

power maps for a small number of emitters per frequency band, and requires estimation of the

number of emitters. We compare our approach with both neural network and non-neural network

alternatives in Section IV.

B. Contributions

The system shown in Fig. 1 is used to determine spectrum occupancy maps and has the

following features:

1) Ability to handle arbitrary propagation environment and number and locations of

emitters: We present the problem of occupancy mapping as a binary decision problem for the

neural network: given a location and occupancy threshold, we determine if power at a given

frequency exceeds the threshold, without knowledge of the number of emitters or an explicit

step to estimate their number. Thus sensitivity to “model order” is eliminated. Variable and

unlimited numbers of emitters are allowed during training and testing, all occupying the same

frequency band.
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2) Robustness: We present a simple and novel log-likelihood (LLR) approach to calculate the

inputs to the neural network from sensors measurements. We show that this naturally addresses

what to do with locations that have no sensors, and provides robustness to the occupancy

threshold, number of sensors and noise. A variable number of sensors is allowed, eliminating

the constraint that the number of inputs to the neural network must be prescribed.

Using a figure of merit, we demonstrate how the performance of the neural network varies with

the environment by computing receiver operating curves with realistic propagation environments

using topographic maps with commercial network design tools. We introduce the usage of a

“threshold-to-noise ratio” to replace signal-to-noise ratio as a figure of merit. We also show that,

perhaps surprisingly, very low-resolution sensors can still be used to get good performance.

The paper is organized as follows. Section II introduces the setup, and problem formulation.

Section III describes the details of the LLR-based input aggregation process, the network ar-

chitecture, the dataset and establishes a baseline performance for robustness studies. Section

IV demonstrates the robustness of the decision system to the occupancy threshold, varying the

number of sensors, and additive noise. Section V presents some practical sensor considerations

with regard to threshold-to-noise ratio and one-bit measurements.

II. PROBLEM FORMULATION

A. System setup

Consider a region R ⊂ R2. Denote the set of emitter (coordinate) locations by E = {el}nE
l=1,

where nE is the number of emitters, and el ∈ R ∀l. Denote the set of emitter powers by

P = {pl}nE
l=1, where pl ∈ R and pl > 0 ∀l, expressed in units of Watts; these quantities are

generally unknown and random. A sensor at a location r ∈ R then measures the power

f(r) ≡ f(r, nE , e1, e2, · · · , enE , p1, p2, · · · , pnE ), (1)

where the right-hand side of (1) shows the explicit dependence of the measurements on the

emitters. We refer to f(r) as the power field, or simply, field.

Denote the set of sensor locations by S = {sj}nS
j=1, where nS is the number of sensors and

sj ∈ R ∀j; these quantities are generally known, but not under our control. It is assumed that the

sensors are all tuned to the same center frequency and bandwidth of interest. It is also assumed

that the emitters are all active in this band. While this frequency is an important parameter in

determining the nature of propagation of energy throughout the region, our methodology is not
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constrained to any given band or propagation model. Hence, we omit mention of frequency until

Section III-A, where simulations are shown for a given frequency.

We define the partition G = {Gk}nG
k=1, with sub-regions Gk ⊂ R, as a collection of non-

overlapping sets that cover R, where nG is the number of sub-regions. We define the occupancy

in a sub-region t(Gk) as the indicator function for whether the field, averaged over Gk, exceeds

a predetermined occupancy threshold τ , or

t(Gk) = 1{〈f(r)〉Gk ≥ τ}, (2)

where 〈f(r)〉Gk is the mean field over Gk, computed over all r ∈ Gk, and 1{·} is an indicator

function that is one if its argument is true and zero otherwise. Thus, if the average f(r) exceeds

τ in Gk, then t(Gk) = 1. Otherwise, it is zero. Typically, G rasterizes R along a regular grid

and the occupancy maps are images of fixed resolution. The occupancy map is then defined

as t(G) ≡ {t(Gk)}nG
k=1. This definition of occupancy naturally induces two hypotheses for every

sub-region Gk, namely, H0,k : 〈f(r)〉Gk < τ where t(Gk) = 0, and H1,k : 〈f(r)〉Gk ≥ τ where

t(Gk) = 1.

The choice of nG determines the resolution of the occupancy map, and hence will generally

be a function of the intended use of the map – small nG gives coarse occupancy resolution,

while large nG gives refined occupancy measurements. In our results, nG is chosen such that the

variation of the field within a sub-region Gk is less than 2 dB on average.

Although the sensor locations are known, their position and number are random and not under

our control. The sub-regions form a grid that covers the region, and the number of sub-regions

that include at least one sensor is smaller (by orders of magnitude) than the total number of

sub-regions for which occupancy decisions are desired.

The number, location, and power of the emitters at the frequency or band of interest are

entirely unknown. Hence, the ground truth of which sub-regions are occupied varies over the

region with the number and location of the emitters, and the neural network has the task of

mapping the random sensor measurements to a decision map, denoted by t̂(G), throughout the

region.

Realistic forward modeling software and topographical maps are used to generate f(r) and

ensure that the generated occupancy maps are accurate. No forward model is assumed by the

network, except what was indirectly learned during training. No explicit steps of estimating the
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Fig. 2: Fields (1), occupancy maps (2) and decision maps (8) in a variety of region topographies. (a)–(c): contours of the altitude

profiles (in meters) for (a) Chicago, (b) Denver and (c) San Jose. (g)–(i): fields (in dBm) with nE = 18 corresponding to the

regions in (a)–(c). (d)–(f): occupancy maps with τ = −90 dBm. Yellow (blue) indicates that 〈f(r)〉Gk is larger (smaller) than

τ . (j)–(l): decision maps, where comparing (d) to (j) and (f) to (l) shows that the occupancy maps are accurately estimated

in Chicago and San Jose, resulting in a low error rate (about 8%). Comparing (e) to (k) shows that the occupancy patterns

in Denver are harder to estimate resulting in higher error rate (about 15%). In these figures, the regions are 655.36, km2 and

nG = 128 × 128. The details of the training process and performance are described in Section III-A, and the error rate is

tabulated in Table I.

number of emitters or their locations are performed. A sequence of measurements produces a

sequence of decision maps, but temporal prediction and modeling are not considered.

B. Problem statement

Given a set of sensor locations S ⊂ R, and measurements m(s), s ∈ S , we wish to use

the neural network system shown in Fig. 1 to determine occupancy decisions t̂(Gk) over all

Gk ∈ G covering R. The sensors measure power, and we consider an aggressively small number

of sensors, i.e. nS � nG . The neural network-based decision system produces a decision map

in two steps:

1) The sensor measurements m(s) are aggregated into an image whose resolution is deter-

mined by G

2) A neural network forms a binary decision map over all of G from this image

The neural network-based decision system produces a decision map over G, whether or not a

sensor occupies every Gk
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III. NEURAL NETWORK ARCHITECTURE AND DATASET

In this section, we present a convolutional neural network (CNN) with an encoder-decoder

structure, and show how it is used to produce decision maps. In particular, we describe the

measurement model, and the aggregation of sensor measurements as log-likelihood ratios (LLRs)

into images of fixed size suitable as inputs to a neural network. Moreoever, we describe the

generation of the dataset from occupancy maps and how it is used to train and test the neural

network.

A. Regions and occupancy maps

Occupancy maps used in training are taken as ground truth, and thus the degree to which the

decision maps represent reality is determined by the choice of the forward model. The methods

we present are not constrained to any particular model, and can work with free-space, dominant

path loss [20], ray-tracing simulators and learned radio maps such as [21–25]. Software packages

that provide accurate forward models are used extensively by wireless operators when designing

their commercial wireless deployments. We utilize Forsk’s Atoll [26], which is especially useful

for outdoor environments. Atoll provides control over the region topography, antenna patterns,

heights, and tilts, emitter powers and locations, and allows field simulations over many emitter

configurations.

We select regions R with distinct topographies in the vicinity of three cities: Chicago, Denver

and San Jose as shown in the contour maps Fig. 2a–2c. Chicago mostly comprises flat (80m

variation) low-altitude areas, which allow the emitter power to propagate without significant

shadowing. In a flat environment, occupancy is predictably highly correlated with proximity

to an emitter. In contrast, Denver has an altitude profile with a variation of over 500m, and

occupancy maps have complex patterns due to shadowing by the landscape. San Jose’s altitude

profile is characterized by a mixture: flatness in the valley, with high altitudes in the surrounding

hills and mountains. Fig. 2g–2i show corresponding examples of f(r), and Fig. 2d–2f show their

corresponding occupancy maps t(G) for nE = 18. To obtain the topography of the region R, we

use Esri’s ArcGIS to project the digital elevation models, publicly available at the United States

Geological Survey (USGS) website [27], into a raster format usable by Atoll. All of the square

regions are 655.36 km2. The topography in each region is fed to Atoll as a raster image of size

512× 512, or a resolution of 50× 50m2. The partition G contains nG = 128× 128 sub-regions,
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Fig. 3: Encoder-Decoder architecture where the (square) feature map dimensions are indicated. The output of a dense block

is the concatenation of the output of a convolution (orange) and the copied input (blue). Convolution blocks associated with

transition layers shrink the input size during encoding, and expand during decoding. The output O(G) passes through a Sigmoid

layer and a threshold detector to produce the decisions t̂(G).

each having an area 200×200m2. All emitters use 11dBi omni-directional 0-degree tilt antennas

at 2100MHz mounted 20m above ground level. The bandwidth considered is 10MHz.

B. Inputs and aggregation

The sensors measure power m(s) at a given frequency and bandwidth at locations s ∈ S. A

measurement made in a sub-region s ∈ Gk can be modeled locally as

m(s) = 〈f(r)〉Gk + z(s), (3)

where z(s) ∼ N (0, ζ2) is the error of representing the mean field 〈f(r)〉Gk by a single mea-

surement m(s). The error in (3) is generally a function of size; the smaller the sub-region, the

smaller the error. In a single-sensor system, an optimal decision of occupancy is obtained by

computing the likelihood function q (m(s) | 〈f(r)〉Gk) using (3) to decide between the hypotheses

H0,k : t(Gk) = 0 versus H1,k : t(Gk) = 1. Since 〈f(r)〉Gk is unknown, a generalized likelihood-

ratio test is used:

LLR(s) = log
maxH1:〈f(r)〉Gk≥τ q (m(s) | 〈f(r)〉Gk)
maxH0:〈f(r)〉Gk<τ q (m(s) | 〈f(r)〉Gk)

(4)

=
(m(s)− τ)|m(s)− τ |

2ζ2
. (5)

Because we have a multi-sensor system, we do not make local decisions but instead feed these

LLRs as inputs to the neural network. We can assume ζ2 = 1/2 because constant factors do

not affect the training of the network. Moreover, since the measurements generally have many
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orders of magnitude dynamic range, we have found that dropping the absolute value term in (5)

aids in numerical stability. Thus, the sensors report the approximate LLRs

i(s) = m(s)− τ. (6)

This approximation is an intuitively pleasing metric representing the difference between the

measured sensor value and the threshold. The larger the metric, the more sure we are that the

measurement exceeds the threshold, and conversely. Where there are no sensors, we set i(r) = 0

for r ∈ R\S, representing no information of whether the field is above or below the threshold.

We show in Section IV-C that this method of LLRs lends itself well to noisy measurements, and

results in an expression for i(s) that is a generalization of (6).

We then form the input (image) to the neural network as

I(Gk) =
1

Z

1

|Gk ∩ S|
∑
r∈Gk

i(r), (7)

which pools the measurement of all the sensors in Gk, where |Gk ∩ S| is the number of sensors

contained in Gk. Thus, the neural network input is the aggregated LLRs in every sub-region that

has at least one sensor. For sub-regions containing no sensors, the LLRs are naturally zero. We

introduce a normalization constant Z that scales the values encountered to be in a range typical

for the input to a neural network. For example, choosing Z such that the image {I(Gk)}nG
k=1 has

unit variance works well in practice.

Because we typically consider a square region, the aggregation process forms an image of size
√
nG ×

√
nG . We are interested in constructing a binary decision map over all the sub-regions,

including those for which I(Gk) = 0. This resembles the problem of image inpainting, where

incomplete images with regular [28] or irregular [29] holes are recovered from available pixels.

CNNs commonly used in these problems employ an encoder-decoder structure, which allows

the translation of one type of (input) image, to another type of (output) image. In the problem

we consider, the hole-to-image ratio is 1− nS/nG ≈ 0.99.

C. Neural network

The encoder-decoder structure that computes t̂(G) comprises 22 convolutional layers. Each

convolutional layer results in a number of output “images” called feature maps. To avoid accuracy

saturation caused by training deep CNNs, we incorporate dense blocks which concatenate output

feature maps with input feature maps. Dense blocks are the building blocks of DenseNets [30],
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which demonstrate excellent performance for classification on the ImageNet dataset [31]. A

dense block is defined in terms of the number of convolutional layers ` and growth rate γ. The

growth rate γ specifies the number of feature maps produced by each layer within a dense block.

Since a dense block operates by concatenation, the input and output feature sizes must match. If

there are γ0 feature maps at the input of a dense block with ` layers, then the number of feature

maps at the output of the dense block is γ0 + γ × `. To allow the CNN to process feature maps

at different resolutions, dense blocks are followed by transition blocks that either downsample

or upsample feature maps depending on the encoding or decoding operation.

The network structure is shown in Fig. 3. The input to the network I(G) consists of the

aggregated LLRs using (7). The first yellow block is the output feature maps of a 2D k21s2p10

(kernel size = 21, stride = 2, padding = 10) convolution layer with six output channels. These

initial features are the input to the encoder. We refer to a convolution block as a combination

of three layers: batch normalization (BatchNorm), Rectified-linear unit (ReLU) and convolution

layers. The encoder is a dense CNN with three dense blocks having ` = 1 and γ = 16, and

three down-sampling transition blocks. Within a dense block, the convolution layers are k3s1p1.

A Transition block consist of two convolution blocks. The first uses a k1s1p0 convolution layer

which learns pooling across feature maps, and halves the number input channels. The second

uses a k3s2p1 convolution layer, which halves the size of the input feature maps. Therefore the

transition blocks at the encoder have outputs whose dimensions are half those of their inputs.

The decoder is also a dense CNN with four dense blocks, and three up-sampling transition

blocks. The decoder dense blocks are identical to the encoder dense blocks. Transition blocks

at the decoder differ from those at the encoder in the second convolution blocks which use

convolution transpose layers of k3s2p1 to upsample the feature maps by a factor of two. The

final layer of the decoder is a convolution transpose block which produces an output image

O(G) whose dimensions are equal to the input image I(G). The decision map t̂(G) is obtained

as follows

t̂(G) = 1 {σ (O (G)) > θ} , (8)

where σ(.) is the sigmoid activation function, and θ is a detection threshold resulting in a binary

decision. The detection threshold 0 ≤ θ ≤ 1 is generally chosen to be θ = 0.5. The number of

parameters of the ith convolutional layer is k2i ·nin,i ·nout,i, where a ki×ki kernel is used, nin is

the number of input feature maps, and nout,i is the number of output feature maps. In addition
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TABLE I

LOSSES AND ERROR RATES IN CHICAGO, DENVER, AND SAN JOSE: nS = 100, τ = −90 dBm

Region Train κ(0.5) Test κ(0.5) Train loss Test loss

Chicago 0.058 0.062 0.138 0.147

Denver 0.139 0.148 0.315 0.336

San Jose 0.075 0.079 0.189 0.205

Training and testing losses (9) and error rates (10) after 500 epochs. Observe that Chicago provide the best error rate

performance. Note that the emitter locations are not shared between training and testing datasets.

to the convolutional layers, the batchNorm layers contribute 2nin,i parameters at the ith layer.

The total number of parameters over all layers L is thus
∑L

i=1 k
2
i · nin,i · nout,i+2nin,i = 29908.

D. Dataset

The training dataset comprises M = 20480 pairs (I(G), t(G)) divided evenly according to the

number of emitters nE ∈ [1, 40], resulting in 512 pairs per nE per region (for example, San Jose).

The test dataset contains 1024 maps generated in the same way as the training set. The test and

training datasets are generated independently. The emitters are placed randomly (uniformly) over

R. The emitter powers are chosen uniformly over the interval [0, 2] Watts. The field f(r) is then

obtained using Atoll, using its internal model (1), and the occupancy map with respect to the

threshold τ is generated according to (2).

Little is gained by making nE larger than when full occupancy is achieved. Hence there is

a natural “upper bound” on nE that depends on the environment where increasing nE does not

add richness to the occupancy maps. We find that 40 emitters are enough to cover more than

more than 92% of the region in Chicago at τ = −90 dBm. Hence, we generally train with no

more than 40 emitters. The datasets are generated with fixed occupancy threshold τ and nS .

E. Training and performance

To supervise the training process, training pairs (I(G), t(G)) are sampled randomly from the

dataset and grouped into mini-batches of size 32. The corresponding outputs O(G) are obtained

from the inputs I(G) as described in Section III-C. During testing, the decision maps t̂(G) are

obtained by thresholding as shown in (8). The learning rate is 5× 10−5; reduced by a factor of

10 if the loss plateaus over a period of 10 epochs (one complete run through the training set).
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Fig. 4: ROC (11) as θ is varied; in Chicago (solid), Denver (dashed) and San Jose (dotted) with τ = −90 dBm. Observe that

because its curve is above and to the left of the others, Chicago provides the best ROC performance.

We use the weighted cross entropy loss function [32, 33] defined as,

L(α) = 1

MnG

M∑
j=1

nG∑
k=1

(
− α tj(Gk) log [σ(Oj(Gk))] − (1 − tj(Gk)) log [1− σ(Oj(Gk))]

)
, (9)

where α is a factor that weighs the sub-regions Gk for which t(Gk) = 1. The weights of the

network are tuned by an ADAM optimizer [34] to minimize (9). We train the neural network

for 500 epochs after which the neural network weights are saved.

The performance of the decision system during testing is determined by the error rate of

classifying the sub-regions Gk ∈ G, or

κ(θ) =
1

MnG

M∑
j=1

nG∑
k=1

|tj(Gk)− t̂j(Gk)|. (10)

The expression in (10) depends on θ through the decision maps t̂(G), and we set θ = 0.5. The

error rate is averaged over emitter locations, powers, and numbers, and sensor locations drawn

randomly. The distributions of E and S are uniform over R.

The training and test error rates κ(0.5) are shown in Table. I. Chicago occupancy maps have

lower error rates and loss values than Denver, for example, probably because of the dramatic

differences in terrain. San Jose falls in between with the presence of both flat (valley) and

irregular topographies. Training and testing are performed on a single NVIDIA GeForce GTX

Titan X GPU. During testing, the time to produce a decision map t̂(G) from an input I(G) is
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Fig. 5: Robustness to τ . Solid curves represent matched training and testing: τtrain = τtest ∈ [−105,−75] dBm; Dash-dotted

curves represent mismatched training and testing: fixed τtrain, but τtest ∈ [−105,−75] dBm. Robustness is evidenced by

observing that the dash-dotted curves are close to the solid ones of the same color over a wide range of τtest. The fixed τtrain

is chosen to have approximately 50% of the region occupied.

approximately 8ms. This value is smaller than typical delays of wireless sensor networks, and

thus decisions can be generated in real-time as soon as the measurements are available.

Receiver operating characteristic (ROC) curves, which are plots of detection rates versus false

alarm rates, can be generated by varying α in (9) or θ in (8). We choose θ ∈ (0, 1), and set

α = 1, allowing us to avoid retraining the network for every α. The false alarm rate, denoted

by PF (θ), is the rate of incorrectly deciding t̂(Gk) = 1, averaged over all G, and the detection

rate PD(θ) is the rate of correctly deciding t̂(Gk) = 1, defined as

PF (θ) =

∑nG
k=1

∑M
j=1(1− tj(Gk))t̂j(Gk)∑nG

k=1

∑M
j=1(1− tj(Gk))

, PD(θ) =

∑nG
k=1

∑M
j=1 tj(Gk)t̂j(Gk)∑nG

k=1

∑M
j=1 tj(Gk)

. (11)

Fig. 4 shows the ROC curves with nS = 100 and τ = −90 dBm and their dependence on the

region; more favorable ROC is achieved in Chicago, than in San Jose or Denver. Even when

there is no sensor noise, a nontrivial ROC curve is obtained since our system estimates the

occupancy everywhere, including sub-regions in which there are no sensors.

IV. ROBUSTNESS AND COMPARISON WITH OTHER METHODS

The usefulness of any neural network-based decision system is determined in part by its

robustness to parameter values for which it has not been trained. Until now, we have matched

the training and test parameters as we averaged over emitter and sensor realizations. In this
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section, we examine the test error rate of the decision system when: (1) the occupancy threshold

τ , (2) the number of sensors nS , and (3) the measurement noise have values that differ during

testing and training. We show that the decision system is robust to a wide range of τ and nS ;

we can train with a single τtrain (or nS train), and test with τtest 6= τtrain (or nS test 6= nS train),

and get an error rate similar to when τtrain = τtest (or nS train = nS test). Moreover, we model

noisy power measurements, and show that forming the neural network inputs from LLRs makes

the decision system robust to noise, even when trained with noise-free measurements.

A. Occupancy threshold τ

The decision maps t̂(G) are always referenced to an occupancy threshold τ . We show that a

system trained for a threshold τtrain can be used effectively for testing with τtest 6= τtrain. In this

case, i(s) = m(s)− τtrain during training, and i(s) = m(s)− τtest during testing.

The test error rate κ of the decision system versus τtest are shown in Fig. 5. For mismatched

training and testing, τtrain = −88 dBm in Chicago, τtrain = −95 dBm in Denver, and San Jose.

Robustness is seen by observing that the dash-dotted curves are close to the solid ones of the

same color over a wide range of τtest.

This robustness is attributed to the LLR inputs to the neural network (6). Since m(s)−τtest =

m(s)− τtrain + (τtrain − τtest), the difference τtrain − τtest represents the mismatch in measured

occupancy between training and testing. When τtest < τtrain, this difference represents a simple

positive offset to the measurement, which leads to overstating the occupancy. In a similar fashion,

τtest > τtrain leads to understating the actual occupancy.

B. Number of sensors nS

The decision system has no control over the number of sensors nS and their locations, and the

number of measurements aggregated into I(G) during training and testing could be different. As

described in Section III-A, the sensor locations are varied during the training so that there are

no location biases. However, we postulate that, the test error rate of a system trained for nS train

will decrease with nS test > nS train because more i(s) are aggregated per sub-region. Note that

in our settings, nS is sampled from R which is discretized into 512× 512 points.

We follow the same process described in Section III-D for each region, and generate training

and test sets for values of nS train and nS test ∈ [50, 800]. We use nS train = nS test sensors for
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Fig. 6: Robustness to nS . Left: Chicago. Middle: Denver. Right: San Jose. Solid curves represent matched training and testing,

nS train = nS test. Dash-dotted curves represent mismatched training and testing, nS train = 100, nS test ∈ [50, 800]. The

proposed method is represented in the black curves. Robustness is seen by observing that the dash-dotted black curves are

close to the solid ones for a wide range of nS . Observe from the blue curves that the PowerNN neural network (which is also

training-based) is not robust to this mismatch. The remaining methods do not require training a network.

training to establish the baseline performance. Due to the aggregation step (7), the size of the

input I(G) remains fixed at 128× 128, even as nS test is changed.

To demonstrate the robustness to the number of sensors, we fix nS train = 100 during training,

and show that increasing the number of sensors during testing is advantageous to the performance,

even though there is a mismatch between training and testing. Fig. 6a, 6b, and 6c plot the error

rate κ in (10) as nS test varies with for each region (black curves). The solid curves are for

matched training and testing, while the dash-dotted curves are for nS train = 100. Encouragingly,

the error rate κ falls as nS test increases in both cases, and therefore the system is robust. This

behavior is not seen with PowerNN, as also shown (blue curves). This comparison, among others,

is discussed in more detail in Section IV-D.

C. Noise modeling and robustness

Sensor measurements are generally subject to measurement non-linearity and noise. In this

section, we analyze the effect of noise on the performance of the decision system. In particular, we

demonstrate that, by modeling measurement noise, the approximate LLRs (6) can be augmented

to improve the performance and make the system robust to mismatched training and testing noise

levels.

So far, we have relied on Atoll to simulate the field f(r). However, Atoll only produces

power values, and a model for the received time-varying amplitude is required to model noise.
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By assuming that the emitters are uncorrelated, the field f(r) in (1), at any location r ∈ R, can

written in the form

f(r) =

nE∑
l=1

fel(r)pl, (12)

where fel(r) > 0 is the power measured by a sensor from a unit-power emitter located at el ∈ E ,

and pl is the (unknown) power of the l-th emitter (in Watts). We then model the noisy received

discrete-time signal at location s as

y(s, n) =

nE∑
l=1

√
fel(s)ul(n) + w(s, n), (13)

where n = 1, 2, ..., N , and N is the number of samples, ul(n) are samples of the signal transmit-

ted by the l-th emitter modeled as independent complex normal random variables CN (0, pl) for

l = 1, 2, ..., nE . The sensor thermal noise w(s, n) ∼ CN (0, ν2) are independent and identically

distributed random variables for all s and n, independent of ul(n) for all n, and we refer to ν2

as the noise power.

To estimate the power, the sensors compute the mean-square value of the noisy samples (13),

which, assuming the emitters are uncorrelated, and using (3), can be modeled as

m(s) =
1

N

N∑
n=1

|y(s, n)|2 ≈ 〈f(r)〉Gk + z(s) + ν2wsq(s), (14)

where 2Nwsq(s) ∼ χ2(2N), and χ2(N) denotes a chi-square distribution with N degrees of free-

dom. The approximation in (14) assumes that the cross term 1
N

∑N
n=1

∑nE
l=1

√
fel(s)ul(n)w(n)

∗

is zero by the weak law of large numbers, where (·)∗ denotes complex conjugation. Note that as

N →∞, m(s)→ 〈f(r)〉Gk + z(s) + ν2, for s ∈ Gk, and the error in approximating 〈f(r)〉Gk by

m(s) still exists even when the noise is completely averaged out. By the central limit theorem,

ν2wsq ∼ N (ν2, ν4/N), and the sensor measurement m(s) ∼ N (〈f(r)〉Gk + ν2, ζ2 + ν4/N). We

assume that the noise power ν2 is known to the sensor.

We take the same approach as in Section III-B, and derive the LLRs according to the model

(14). Since ν4/N , and ζ2 are not a function of 〈f(r)〉Gk , the resulting LLRs of the noisy

measurements can be expressed as,

LLR(s) =


|m(s)− ν2 − τ |(m(s)− ν2 − τ)

2(ν4/N + ζ2)
m(s) ≥ ν2,

τ(2m(s)− 2ν2 − τ)
2(ν4/N + ζ2)

otherwise.
(15)

Similar to (5), the denominators in (15) are constant and can be dropped. Moreover, dropping

the absolute value term |m(s) − ν2 − τ | and the constant factor τ from the numerators aids in
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Fig. 7: Robustness to ν2. Solid curves represent matched training and testing: ν2train = ν2test; Dash-dotted curves represent

mismatched training and testing: ν2train = 0. Robustness to noise, when (16) is used for i(s), is seen by observing that the

dash-dotted black curves are close to the solid ones for a wide range of ν2test. In contrast, when using (6) for i(s), or with

PowerNN, robustness is reduced. The dashed horizontal line is the baseline with noise-free sensors during training and testing,

or ν2train = ν2test = 0W.

numerical stability, as measurements generally have many orders of magnitude dynamic range.

Thus, the sensors report the approximate LLRs

i(s) =

m(s)− ν2 − τ for m(s) ≥ ν2,

2m(s)− 2ν2 − τ otherwise.
(16)

The approximate LLRs in (16) are a generalization of those in (6), with equality when ν2 = 0.

We demonstrate the performance when using (16) in Chicago where nS = 100, τ = −90 dBm,

and N = 1024 for a variety of noise powers ν2. We denote by ν2train and ν2test the noise power

in the measurements (14) during training and testing respectively. We train the decision system

by forming the inputs I(G) in (7) from i(s) in (16) with ν2train using measurements in (14), to

produce a decision map t̂(G). Testing is done in the same manner, but ν2test is used instead.

Similar to the preceding subsections, we consider two cases. In the first case, training and

testing are matched, or ν2train = ν2test ∈ [−105,−75] dBm, and κ as a function of ν2test is shown

in solid black in Fig. 7. In the second case, training and testing are mismatched, or ν2train = 0 and

ν2test ∈ [−105,−75] dBm, and the corresponding κ is shown in dash-dotted black. Comparing

the two curves, we observe that the performance in both cases is similar, and, therefore, the

decision system is robust to the mismatch between training and testing noise variance. In fact,

the training measurements can be noise-free and the test measurements can be noisy.
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Fig. 8: Test error rate versus TNR (η = τ/ν2 in dB) for various τ . Dashed lines indicate error rate with noise-free sensors

(η = ∞) We can see that low TNR corresponds to high error rate, and the error rate decreases as TNR increases. When

η = 0dB, the error rates are close to their noise-free limits (dashed lines).

The robustness to noise does not hold when noise is not part of the LLR model. Fig. 7

shows the performance (in red) when (6) is used for i(s). We observe a divergence starting

at ν2test = −95 dBm between the red dash-dotted, where training and testing are mismatched,

versus the red solid, where training and testing are matched.

D. Comparison with other methods

We compare the error rate of several alternatives for occupancy mapping. We consider [17]

as a neural network alternative and we refer to it as PowerNN. PowerNN takes two images, one

containing the measurements, which we construct using (7), replacing i(r) with m(r) in dBm.

Note that for locations with no sensors, r ∈ R \ S, m(r) = 0 as per [17], and we set the “code

length” to 256. The second image contains zeros for sub-regions Gk with no sensors, and ones

everywhere else.

We also consider classical alternatives such as inverse distance weighting (IDW) with an

exponent of two [8], and K-nearest neighbors (K-NN) with K = 1 [9]. We also consider Ordinary

Kriging [11], and radial basis function (RBF) interpolation with a bias term and `2-regularization

parameter of 0.01 [10].

We compare the performance of our proposed method to the alternatives as the number of

sensors used in testing is varied nS test ∈ [50, 800]. We use nS train = nS test sensors for training.

The test error rate as nS test varies is shown in Fig. 6 for the various methods in all of the
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considered regions. Our proposed methods outperforms the alternatives for all nS test (solid

curves). Note that in Denver, a three-fold increase in the number of sensors is required for

the alternatives to perform as well as our proposed method. In Chicago and San Jose, about

four-fold increase is required for PowerNN, and at least an eight-fold increase is required for

the classical methods.

Moreover, PowerNN is not very robust to the number of sensors or sensor noise. We set

nS train = 100 during training, and vary the number of sensors during testing nS test ∈ [50, 800].

Fig. 6 plots the error rates of PowerNN for the cases where the number of sensors is matched and

mismatched during training and testing. Comparing the solid blue curve to the dash-dotted blue

curve, the performance of PowerNN degrades rapidly as nS test increases beyond nS train = 100.

Furthermore, Fig. 7 plots the error rates of PowerNN for the cases where the noise is matched

and mismatched during training and testing. Comparing the solid blue curve to the dash-dotted

blue curve, we observe that under mismatch, with ν2test = −95 dBm, the error rate increases

dramatically compared to the case where noise is matched.

The next section contains some observations on a figure of merit, and comments on practical

sensor considerations.

V. THRESHOLD-TO-NOISE RATIO (TNR) AND PRACTICAL CONSIDERATIONS

A. Threshold-to-noise ratio (TNR) η = τ/ν2

Classically, the error rate of a noisy detector (10) is characterized by the signal-to-noise ratio

(SNR), where good performance is generally obtained at high SNR. However, in a spectrum

occupancy system, even a low-SNR situation at a sensor (where f(s)/ν2 is small) can yield

a useful conclusion. For example, if f(s) � ν2 < τ we can readily conclude from a small

sensor measurement that there is no emitter near the sensor, and hence the sub-region is not

occupied. In this case, a low SNR measurement provides useful information. On the other hand,

if ν2 > τ , then sensor measurements are dominated by noise relative to the threshold, and

this noise obscures the presence or absence of an emitter meeting the threshold condition. In

this case, a low SNR measurement does not provide useful information. Hence the SNR of a

measurement by itself does not capture the significance of a measurement.

We have found that the threshold-to-noise ratio (TNR), denoted by η = τ/ν2 is a more

meaningful figure of merit to characterize the system performance. The TNR captures the

statistical significance of all the measurements since low TNR values (below 0 dB) indicate that
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Fig. 9: Low-resolution (one-bit) sensors work well. Black (◦): full-resolution sensors with nS train = nS test. Red (◦): one-bit

sensors with nS train = nS test. Red (�): one-bit sensors with nS train = 100. Comparing the black (◦) with the red (◦)

curves shows that only approximately a two-fold increase in the number of one-bit sensors (17) versus full-resolution sensors

gives the same κ. Moreover, the red (◦) curves are close to the red (�) ones demonstrating robustness to nS test. In all cases,

τ = −90 dBm and ν2 = 0.

the noise power of the measurements is greater than the threshold, thus giving the measurement

reduced significance, irrespective of the signal strength. Fig. 8 shows the error rate of a system

trained and tested with noisy measurements as a function of TNR. The thresholds are chosen as

τ ∈ {−100,−95,−90,−85} dBm, and the noise powers, for every threshold, are chosen such

that η ∈ [−20, 15] dB. The probabilities of error approaches their limiting value (dashed lines)

as η → ∞, and even with η = 0dB the error rates are close to their limiting values. Thus, η

indicates how close to noise-free performance we are.

B. Practical sensor considerations and one-bit sensors

The results of Section IV show that an accurate spectrum occupancy system requires the

distribution of tens or hundreds of sensors in a region, which, in turn, requires the sensors to

be low-cost and low-power. The results also show that low error rate can be maintained for a

wide range of noise power ν2. In fact, Fig. 8 shows that for any given τ , the error rate with

noisy sensors is very close to that of noise-free sensors even at TNR as low as η = −5 dB.

This favorable performance in the presence of noise can be translated into savings on power

and cost of the sensors which can be designed with less stringent constraints on gain and noise

figure. The RadioHound sensor [35, 36] developed at the University of Notre Dame is a low-
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cost spectrum sensor which enables dense deployments. The sensor is in its third generation and

features an on-board 8-bit 48 MSps analog-to-digital converter (ADC), with a tunable range of

6 GHz. The sensor has already been used as part of a feasibility study conducted by the Federal

Communications Commission (FCC) on the collection of the United States Parcel Service (USPS)

broadband data [37]. The sensor currently consumes about 3.9W of power, and costs $50. We

plan to reduce the cost and power consumption further by replacing the ADC with a one-bit

threshold detector. In this section, we show that the effect of this modification on performance

can be quantified in terms of an increase in number of one-bit versus full-resolution sensors.

Sensors with one-bit threshold detectors report binary (hard) decisions as

i(s) = sgn (m(s)− τ) , (17)

instead of real-valued soft decisions (6), where the sgn(·) function returns the sign of its argument

and sgn(0) = 0. The hard decisions in (17) do not change the process of aggregation (7). One

intuitively expects the performance of the system to degrade significantly for any nS due to the

severe loss of resolution in I(G). Fig. 9 compares the performance of full-resolution sensors

(black ◦) versus one-bit sensors (red ◦) for Chicago and Denver. It is remarkable that only

approximately a two-fold increase in the number of one-bit versus full-resolution sensors gives

the same κ. Moreover, the robustness to nS test with one-bit sensors is observed when comparing

the red (◦) curves with the red (�) curves.

VI. CONCLUSION

We presented a framework for computing occupancy maps for an arbitrary and unlimited

number of emitters. We presented a novel log-likelihood ratio approach to input aggregation,

which forms fixed resolution images regardless of the number of sensors. We demonstrated that

the framework results in accurate maps, and is robust to mismatch between training and testing

with respect to the emitter locations, the number of sensors, the occupancy threshold, and noise

power. We also defined the threshold-to-noise ratio (TNR) as a figure of merit to capture the

performance of a system relative to noise-free sensors. Finally we showed that one-bit sensors,

which can provide savings on cost and power, can be used effectively in spectrum mapping.
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