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Abstract—Analog to Digital Converters (ADCs) are a major
contributor to the power consumption of multiple-input multiple-
output (MIMO) receivers with large antenna arrays operating
in the millimeter wave carrier frequencies. This is especially
the case in large bandwidth communication systems, due to the
sudden drop in energy-efficiency of ADCs as the sampling rate
is increased above 100MHz. Two mitigating energy-efficient ap-
proaches which have received significant recent interest are i) to
reduce the number of ADCs via analog and hybrid beamforming
architectures, and ii) to reduce the resolution of the ADCs which
in turn decreases power consumption. However, decreasing the
number and resolution of ADCs leads to performance loss —
in terms of achievable rates — due to increased quantization
error. In this work, we study the application of practically imple-
mentable nonlinear analog operators such as envelope detectors
and polynomial operators, prior to sampling and quantization
at the ADCs, as a way to mitigate the aforementioned rate-loss.
A receiver architecture consisting of linear analog combiners,
nonlinear analog operators, and few-bit ADCs is designed.
The fundamental information theoretic performance limits of
the resulting communication system, in terms of achievable
rates, are investigated under various assumptions on the set of
implementable analog operators. Extensive numerical evaluations
and simulations of the communication system are provided to
compare the set of achievable rates under different architecture
designs and parameters. Circuit simulations and measurement
results, based on both 22 nm FDSOI CMOS technology and
65 nm Bulk CMOS transistor technologies, are provided to
justify the power efficiency of the proposed receiver architecture
deploying envelope detectors and polynomial operators.

1. INTRODUCTION

In order to accommodate the ever-growing demand for
higher data-rates, the wireless spectrum has been continuously
expanding over the past several decades. Particularly, mil-
limeter wave (mm-wave) communication networks are being
used in the fifth generation (5G) wireless systems to allow for
larger channel bandwidths compared to earlier generation radio
frequency (RF) systems which operate in frequencies below
6 GHz []. However, the energy consumption of components
such as analog to digital converters (ADCs) increases signifi-
cantly in mm-wave systems due to several factors as elaborated
in the following. In theory, the power consumption of an
ADC grows linearly with bandwidth, and the rate of increase
is even more significant in practical implementations due to
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the excessive loss associated with the passive components
at higher frequencies, which causes an abrupt drop in ADC
energy-efficiency as the bandwidth is pushed past 100 MHz
[]-[©] For instance, the power consumption of current com-
mercial high-speed (= 20 GSample/s), high-resolution (e.g. 8-
12 bits) ADCs is around 500 mW per ADC [/]. Furthermore,
in order to mitigate the inherent high isotropic path loss and
sensitivity to blockages at high frequencies, mm-wave systems
must leverage directive narrow-beams, by using large antenna
arrays to increase the antenna gain at both base stations (BS)
and user-ends (UE) [“], [©]-[!U]. For instance, 5G wireless
networks envision hundreds of antennas at the BS and in
excess of ten antennas at the UE [/ /].

In conventional multiple-input multiple-output (MIMO) sys-
tems with digital beamforming, each antenna output is digi-
tized separately by a dedicated ADC. This requires a large
number of ADCs which are a significant source of power
consumption in large bandwidth MIMO receivers [|”], [ 2].
Analog and hybrid beamforming has been proposed as a way
to mitigate ADC power consumption by reducing the number
of ADCs. Under hybrid beamforming, the receiver terminals
use a collection of analog beamformers to linearly combine
the large number of received signals and feed them to a small
set of ADCs. Additionally, in standard ADC design, power
consumption is proportional to the number of quantization bins
and hence grows exponentially in the number of output bits
[14], which prohibits the use of high resolution ADCs.

There has been extensive recent efforts to design receiver
architectures and coding strategies using analog, hybrid, and
digital beamforming with a small number of few-bit ADCs
[17], [15]-[26]. One method that has been proposed is to use
digital beamforming architectures using one-bit ADCs [ /]. A
limitation of this approach is that digital beamforming requires
an ADC per receiver antenna (two ADCs if input is considered
in the complex domain), which leads to high power consump-
tion. Furthermore, the restriction to one-bit ADCs may be
prohibitively costly in terms of achievable rates. To mitigate
this, hybrid beamforming has been proposed as an alternative
approach. In hybrid beamforming, the receiver terminals in
MIMO systems use a set of analog beamformers in the RF
domain to combine the large number of analog signals at
the receiver antennas and feed them to a small set of ADCs
[12], [12], [19], [2¢]. Hybrid beamforming uses simple analog
processing, linear processing in particular, to partially mitigate
the rate loss due to low resolution quantization. In [79] a



power-efficient hybrid MIMO receiver is presented where the
analog and digital processing are jointly optimized by using
task-specific quantization techniques. The hybrid beamforming
approach was further extended in [ (], where the use of hybrid
blockwise architectures, consisting of delay elements, was
considered. This allows for temporal linear processing of the
received signals in the analog domain, providing additional
degrees of freedom in choosing the processing function. Ad-
ditionally, adaptive thresholds ADCs, were considered in [50)],
which allow for modifying the ADC thresholds based on past
quantization outputs. This has similarities with the operation of
successive approximation register (SAR) ADCs [ 1], [©”]. The
latter two approaches improve the channel capacity compared
with that of the conventional hybrid beamforming architec-
tures, however, the practical implementation of high precision
analog delay elements, and SAR ADCs with high sampling
rates is challenging due to synchronization issues and delay
accuracy limitations.

In this work, we argue that the aforementioned digital,
hybrid, and analog beamforming approaches suffer from the
curse of low dimensions phenomenon, elaborated on in Sec-
tion III. We further quantify the rate-loss due to this phe-
nomenon, and provide solutions to mitigate it. Particularly,
we consider the use of nonlinear analog operators — such
as envelope detectors and low degree polynomial operators
— prior to sampling and quantization, as a way to mitigate
the rate-loss due to coarse quantization and increase channel
capacity of MIMO systems with few-bit ADCs. The power
consumption and circuit design for receiver architectures de-
ploying these nonlinear operators based on measurement and
simulation results in 22 nm and 65 nm CMOS technologies
are provided in Section VIII.

The main contributions of this work are summarized below:
o To characterize the channel capacity under analog beam-

forming when envelope detectors are used for analog signal

processing. The capacity expression is derived in terms of
the power budget for analog processing components and

ADCs, which in turn determines the number of ADCs, ny,

number of output levels of each ADC, ¢, and number of

concatenated envelope detectors, d,,, (Theorems 1-3).

« To characterize the high SNR capacity under analog beam-
forming when polynomial operators are used for analog
signal processing. The high SNR capacity and inner-bounds
to the low SNR achievable rates are provided in terms of
the power budget of analog processing components and the
ADCs, which in turn determine the number of ADCs, n,,
number of output levels of each ADC, ¢, and the polynomial
degree, 0,0, (Theorem 4).

« To provide a receiver architecture for hybrid beamforming
using envelope detectors for high data rate communication
with QAM demodulation (Theorem 5).

« To provide computational methods for finding the set of
achievable rates and quantifying the gains due to nonlinear
analog processing under the proposed analog and hybrid
beamforming architectures, and to provide explanations of
how these gains change as SNR, n,, £, and ¢ are changed.

« To provide circuit designs and associated performance sim-
ulations for implementing polynomials of degree up to four

and concatenated envelope detector sequences with a pair of
envelope detectors, and to evaluate their power consumption.

The organization of the remainder of the paper is as follows:
In Section II, we provide an overview of prior works under
both digital and hybrid beamforming and elaborate on the
motivation behind considering nonlinear processing in the
analog domain. We provide several motivating examples to
illustrate the curse of low dimensions phenomenon and mo-
tivate the use of non-linear analog operators in Section III.
In Section IV, we consider the scenario where the set of
implementable analog processing functions consists of those
generated by collections of envelope detectors, and propose
receiver architectures, design coding strategies, and derive the
fundamental performance limits in terms of achievable rates.
In Section V, we study receiver architectures and coding
strategies associated with analog polynomial operators. In
Section VI, we consider a hybrid beamforming architecture
that is equipped with envelope detectors. We provide achiev-
able rates under this architecture in a high SNR regime. A
numerical analysis for channel capacity with respect to each
of the described architectures is provided in Section VIIL.
Here we characterize the gains that result from the use of
nonlinear processing in the analog domain. Transceiver Circuit
designs and simulations evaluating the power consumption
of the nonlinear processing operators including sequences of
concatenated envelope detectors and polynomial operators are
provided in Section VIIIL.

Notation: Upper-case letters such as X,Y,H are used to
represent random variables, vectors, and matrices, and lower-
case letters such as x,y,h represent their realizations. The
set {1,2,---,n},n € N is represented by [n]. The vector
(x1,x2,...,%,) is written as x(1:n) and x", interchangeably,
and (xg, Xg41,°* , Xy) is denoted by x(k : n). The ith element
is written as x(i) and x;, interchangeably. We write || - || to
denote the L,-norm. An n X m matrix is written as h(l:n,1:
m) = [hi,j]i,jEIn]X[m]’ , its ith column is h(,l),l € [m], and its
Jjth row is h(j,:), j € [m]. We write x and h instead of x(1:n)
and h(1:n, 1:m), respectively, when the dimension is clear from
context. The notation x7 is used to denote the hermitian of x.
Sets are denoted by calligraphic letters such as X, families of
sets by sans-serif letters such as X, and collections of families
of sets by 2.

II. PRELIMINARIES

A. The Classical Information Theoretic MIMO Communica-
tions Model

The classical model for Point-to-Point (PtP) MIMO com-
munications is shown in Figure 1(a). The model has been
considered under various scenarios such as availability of
channel state information (CSI) at one or both terminals,
time-varying channels, and lossy transmission of sources over
MIMO channels, e.g., [*7], [$4]. A consequential idealization
in the classical model is that no restrictions are imposed on
the choice of encoding and decoding functions g(-) and f(:)
at the transmitter and receiver terminals, respectively. At the
receiver side, the justification is that the decoding function
may be implemented by first constructing a faithful digital
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Fig. 1. MIMO system n, transmit antennas, n, receive antennas, and ny ADCs.
The receiver model (dashed box) consists of analog processing f,(-), analog
to digital conversion (ADC), and digital processing f;(-) modules.
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Fig. 2. The receiver architecture consists of an analog/hybrid beamformoing
module, an elementwise analog operator f,(-), n; low-resolution ADCs, and a
blockwise digital operator fy(-) with blocklength n. Y represents the received
signal, M is the message reconstruction, and [@] is the message set.

representation of the analog signal using high resolution ADCs
and then performing a blockwise decoding operation on these
signals in the digital domain. However, this idealistic model
does not capture the limitations on the resolution of the
ADCs and the limitations of analog circuit design in mm-
wave systems mentioned in the introduction. In this work,
we focus on the receiver side, and consider a system model
which captures the aforementioned practical considerations in
the receiver architecture.

We consider a MIMO channel whose input and output!
X,Y) € R" x R* are related through Y = hX + N, where,
h € R"™*™ is the (fixed) channel matrix, n; is the number of
transmit antennas, n, is the number of receive antennas, and
N € R™ is a jointly Gaussian noise vector. The channel input
has average power constraint Py, i.e. E(lIXII%) < Pr, where
|| - |l denotes the ¢, distance. The receiver model is shown in
Figure 1. The model encompasses the analog beamforming,
hybrid beamforming, and digital beamforming models used in
prior works as well as the beamforming models introduced
in the subsequent sections. As observed from the figure, the
choice of the decoding function at the receiver is restricted
by limitations on the number of ADCs, n, € N — which is
in turn restricted by the power budget at the receiver side —
and the set of implementable nonlinear analog functions f,(-).
In general, we assume that the analog function f,(-) is chosen
from a predefined set of implementable functions ¥,. Each of
these restrictions are elaborated on in the subsequent sections.

Formally, the receiver (Figure 2), consists of:

i) A beamforming module characterized by V € R™*" which
takes Y € R™ as input and outputs Y € R* = VY using a

'To simplify notation, we have considered real-valued variables. The
derivations can be extended to complex variables in a straightforward manner.

collection of phase shifters.

ii) A set of elementwise analog processing functions f; €
Fa>Jj € [n4],6 € N operating on the beamformer output Y
to produce the vector W(I : n,), where W(j) = fi(Y), j € [n4].
Note that both V and f,(-) capture operations performed in the
analog processing of the received signals. Although the two
operators are implemented in different frequency bands — the
carrier frequency and baseband, respectively — they can be
effectively combined together into one module for the purpose
of the derivations considered in this work. Consequently, in the
following, we represent the analog processing module by f,(-),
and take V as the identity matrix for conciseness. We consider
two classes of analog linear processing functions:
Concatenated Sequences of Envelope Detectors: In Section
IV, we consider the use of concatenated sequences of envelope
detectors for analog signal processing. In this context, we
define the set of implementable nonlinear analog functions as:

F3, =) = Ay(y,a*),y € R|s € [6],a° €R®}, S€N,

where Aj(yv,a) = |y — al,y,a € R and A;(y,a’) =
Al(A 1 (v,a Y, a5) = A 1(v,a*") — agl,s € N. That is,
F2, consists of all functions which can be generated using
sequences of s < ¢ concatenated envelope detectors with
thresholds ay,as,- - ,a,, respectively. The restriction to a
limited number of envelope detectors is due to limitations
in analog circuit design, and the implementability of such
functions is justified by the circuit designs and simulations
provided in Section VIII.

Analog Polynomial Operators: In Section V, we consider
the use of polynomial operators. That is, we limit the set of
implementable nonlinar analog functions to:

s
Fouw 2 f0) =D an',yeRla; R, i=0,1,-- 6}, 6€N,

i=0
In this case, Tﬁozy consists of all polynomial functions of
degree at most 0, where the thresholds are determined by the
roots of the polynomials. Similar to the case with envelope
detectors, here the limitation on the degree of the polynomial
functions is determined by limitations in the corresponding
circuits design and is studied in Section VIII.
iii) A set of ADCs, whose number n, and resolution” ¢ is
determined by a given power budget Pspc. To elaborate,
theoretically, the power consumption of an ADC is given by
CVf2", where C is the capacitive load, V is the voltage, f;
is the sampling frequency, and »n is the number of output bits
[25]. In our model, we define @ £ CVf,. As a result, if a
one-bit ADC has a unit power consumption of «, then an n-
bit ADC has 2"a power consumption. Consequently, n, and £
must belong to the set

N(Papc) = {(ng, Olanyt < Papc).

The n, ADCs have threshold vectors #(j,1: £—1) e R, j e
[n4], operating on the vector W(I : n,) and producing W(1 :

2Generally, one could assume different resolutions for each of the ADCs,
however, we assume all ADCs have the same resolution to simplify the circuit
design and implementation.



ng), where

W)=k if W) € [t k). 1k + D] ke [0,£- 1],
where j € [ny] and we have defined #(j,0) £ —oco and
1(j, £) = co. We call #(1:ny, 1: £ — 1) the threshold matrix. It is
assumed that 0 < 1(i, j) < 1(i, j),i € [n4], j, J € [€-1],j < j.
iv) A digital processing module represented by fy
{0,1,---,¢£ — 1y — [@], operating on the block of
ADC outputs after n-channel uses W(l i n,1:ng). After
the nth channel-use, the digital processing module produces
the message reconstruction M = fd(W(l :n,1:ny). The
communication system is characterized by (Pr, Papc,h,9),
and the transmission system by (n,n,,€,0,e, f",t(1 : ng, 1 :
¢ = 1), fa), where (ng,€) € N(Papc), f" = (fi,fas s fu,)
and f; € ?'e‘fw, J € [ng] , and e(-) is such that the channel
input satisfies the average power constraint. Achievability and
probability of error are defined in the standard sense. The
capacity maximized over all implementable analog functions
is denoted by C,,,(Pr, Papc,h, ), when using sequences of
envelope detectors and by Cpo(Pr, Papc, h,6), when using
polynomial operators.

B. Summary of Prior Works

In the following, we provide a brief summary of prior
works on digital and hybrid beamforming, and explain how
each scenario can be encompassed as a special case of the
formulation described in the prequel.

Prior Works on Digital Beamforming: In digital beam-
forming, each antenna is directly connected to its dedicated
ADC, ie., n, = ny and f,(-) is the identity function ['0]-
[+0]. In [37], an approximate expression for the high signal-
to-noise ratio (SNR) capacity of the single-input multiple-
output (SIMO) system with digital beamforming was derived
when one-bit ADCs are used; it was shown that the capacity
is well-approximated by log (4n, + 1). Note that ideally, one
would expect that at high SNRs, when the channel is almost
noiseless, n, bits of information can be recovered per channel-
use using n, one-bit ADCs. It can be observed that there
is a significant gap between the performance of the digital
beamforming architecture (log (4n, + 1) bits/channel-use) and
the ideal performance (n, bits/channel-use). In this work, we
argue that this gap is due to what we call the ‘curse of
low dimensions’, further discussed in Section III and provide
solutions to breach this performance gap.

Prior Works on Hybrid Beamforming: Hybrid beamforming
architectures use a set of analog beamformers to linearly
combine the received signals in the analog domain [ /9], [ 1],
[+7], i.e., fu(-) is a linear function which can be captured by
matrix V" (Figure 3). This linear analog signal processing
improves performance, in terms of achievable rates, by rotating
the received signal such that the information-loss in the quan-
tization step is reduced. For Gaussian SISO channels, hybrid
beamforming with non-zero threshold ADCs was investigated
in [“47]. In MIMO communications, the use of analog linear
combiners to reduce the quantization rate-loss was investigated

3Note that the assumption 0 < #(i, j) does not loose generality since 0 <
|yl, Vy € R. Hence, a negative threshold would yield trivial ADC output.
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Fig. 3. The figure shows the hybrid beamforming architecture studied in
prior works. The matrix V"~*"¢ characterizes the analog linear combiner, and
"4 is the vector of ADC thresholds.

in [19], [#4]. Similar to the digital beamforming scenario
alluded to above, the high SNR achievable rate in systems with
hybrid beamforming has been shown to grow logarithmically
in ng [*4]. This is significantly lower than the ideal high
SNR performance of n, bits/channel-use. Similar to digital
beamforming, we argue that this loss in performance is due to
the ‘curse of low dimensions’ and provide solutions to improve
achievable rates.

Prior Works on Analog Beamforming: Analog beamforming
utilizes analog phase shifters and only one RF chain for the
beamforming operation [ 6], [*5]. This leads to a simplified
design and low power consumption compared to hybrid and
digital beamforming. However, analog beamforming can only
support single-stream transmission which yields lower data
rates.

III. Curse oF Low DIMENSIONS

As mentioned in Section II, in both the digital and hybrid
beamforming scenarios studied in prior works, there is a rate-
loss associated with the use of low-resolution ADCs even in
the high SNR regime. That is, while ideally one would wish
to achieve a communication rate of n, bits per channel-use
in the high SNR regime, in reality, the maximum achievable
rate only grows logarithmically in the number of ADCs in both
scenarios. In this section, we provide a high-level reasoning for
this rate-loss. This intuitive explanation forms the motivation
for the rest of the paper, and justifies the gains observed when
using non-linear operators instead of linear operators as in
hybrid beamforming schemes.

To explain the ‘curse of low dimensions’ phenomenon, let
us consider a PtP MIMO system with hybrid beamforming at
the receiver, operating in the high SNR regime, and consisting
of n, transmit antennas, n, receive antennas, and n, one-
bit ADCs. Given a hybrid beamforming matrix V and ADC
threshold vector t, one can define the quantization mapping
oY) £ W = (sign(Wy), sign(W>),--- , sign(W,,)), where

() (b) (©

Fig. 4. Constellations resulting from linear processing prior to quantization
in a scenario with n, = n, =2 and ny = 4.
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Fig. 5. Constellations resulting from nonlinear processing prior to quantiza-
tion in a scenario with n; = n, =2 and n, = 4.

W = V + t. An important characteristic of Q(-) is the
resulting Voronoi regions — where a Voronoi region % is
defined as the set of all vectors Y which are mapped to
the same quantization output. We let P = {P, P2, -+ ,Pjp}
denote the set of all Voronoi regions of Q(-). In the high
SNR regime, it is straightforward to argue that the number
of messages which can be transmitted reliably per channel-
use is equal to the number of Voronoi regions of Q(-), i.e., the
maximum achievable rate is log|P| bits/channel-use. Ideally,
the number of Voronoi regions grows exponentially with the
number of one-bit ADCs (i.e., [P| = 2"™) so that rate equal
to n, bits/channel-use is achieved. However, this is not the
case for low-dimensional spaces where the maximum number
of possible Voronoi regions produced by a mapping Q(-) may
be significantly lower than 2" [6]. In general, the maximum
number of Voronoi regions is equal to the maximum number of
regions in an n,-dimensional space when cut by n, hyperplanes

[7], [¢] given by:
n—1
3 O (g — 1
|P|_2;( l_ )

Consequently, for a fixed n,, the maximum achievable rate
log |P| given with (1) grows logarithmically with n,. Whereas
if n, = n, (digital beamforming), then log |P| grows linearly in
ng. We call this phenomenon the curse of low dimensions since
it leads to reduced rates when the channel output dimension
is low, i.e., when n, < n,. This is further clarified through the
following example.

6]

Example 1 (Curse of Low Dimensions). 7o provide a
concrete example, let us consider a scenario with two transmit
and receive antennas (i.e. n, = n, = 2) and n, = 4 one-bit
ADCs at the receiver. For ease of explanation, we focus on
the achievable communication rates in the high SNR regime.
In this case, the received signal space is a two-dimensional
space consisting of points (Y1, Y>). In hybrid beamforming, the
received signals are passed through a linear analog combiner
characterized by V = [v; jl; jej4), and the ADC thresholds are
t; € R,i € [4]. The ADCs perform the following comparisons
vi1Y1+v;2 Y, s t;,i € [4]. The resulting Voronoi regions can be
represented by a partition of the two-dimensional Euclidean
space using four lines. For instance, in Phase-shift keying
(PSK) modulation the thresholds are t; = 0,i € [4] and

vip=0, vip=1, vo1=-1, wo=1,

=1, vip=0, va1 =1, vgp =1

The resulting Voronoi regions are shown in Figure 4(a). It
can be observed that there are 8 Voronoi regions, as opposed
to the ideal 16 regions. Alternatively, Figure 4(b) shows the
Quadrature Amplitude Modulation (QAM) Voronoi regions,
and Figure 4(c) represents a general position constellation
proposed in [70], which achieves the highest number of
Voronoi regions possible using analog linear processing. As
was observed in [70], and shown in the figure, hybrid beam-
forming architectures can achieve at most 11 unique Voronoi
regions thus achieving a rate of log 11 bits/channel-use.

An alternative approach is to use non-linear analog pro-
cessing instead of the linear processing used in hybrid beam-
forming architectures. For instance, absolute values of the
signals can be generated in the analog domain using envelope
detectors, and then using the ADCs, the following comparisons
can be made:

Yils 1, [Yofs1, [Yi[s3, [Yo|s3.

The resulting Voronoi regions from such processing are shown
in Figure 5(a). The regions whose elements are associated
with unique ADC binary output vectors are indicated with a
black circular marker. Note that not all regions result in a
unique ADC output. For example, if Y; are very large positive
numbers (top-right corner) or very large negative numbers
(bottom-left corner), then the ADC outputs are (1,1,1,1) for
elements of both regions, hence only one of the two regions
contributes to the achievable rate as it corresponds to a
unique transmitted message. Similarly, the top-left and bottom-
right regions produce ADC output (1,1, 1, 1). In the figure, we
have marked the top-left region with a black circular marker,
which indicates its contribution to the rate computation. Thus,
the rate is not defined by the total number of quantization
regions but by the number of unique regions. The constellation
produces a total of 9 unique quantization regions, resulting in
a rate of log9 bits/channel use. Figure 5(b) shows a different
set of Voronoi regions resulting from the following operations:

Yils1, [Yals@, [Yi+Yalsl, [Yi-Yaofs1,

resulting in a rate of log 12 bits/channel use and the constel-
lation in Figure 5(c) results from the operations:

Yils1 [Yaolsl, [Yi-1lsl [Y2-1IIs],

which results in the optimal rate of 4 bits/channel use, thus
completely lifting the curse of low dimensions.

IV. SISO Systems EquipPEp wiTH ENVELOPE DETECTORS

As discussed in the introduction, two different approaches,
namely hybrid beamforming and low resolution quantization,
have been proposed to address the ADC power consumption in
wideband systems. In this section, as a first step, we consider
single-input single-output (SISO) systems — modeling analog
beamforming — equipped with low resolution ADCs and eval-
uate the achievable rate using non-linear analog processing,
particularly, envelope detectors. This serves as a foundation
for the derivations for hybrid beamforming in the subsequent
sections. Hence, we consider a MIMO receiver with analog
beamforming equipped with a collection of envelope detectors



for analog signal processing and a power budget of P4pc for
ADC power consumption. Our main objective in this section
is to characterize the optimal values for the number and
resolution of the ADCs used at the receiver terminal, which
achieve the maximum system throughput, given the signal-to-
noise ratio of the channel and the ADC power budget.

A. Envelope Detectors for Non-linear Analog Processing

Envelope detectors are suitable for analog processing of
signals at high frequencies due to their low power consumption
and simple circuit design [*Y]. The power consumption of
envelope detectors is significantly lower at high data rates
(see Section VIII). An envelope detector is parametrized by
its threshold a € R and its operations on an input x € R
are captured by the function A|(x,a) = |x —al,x € R.
Envelope detectors can be concatenated in a sequence to
generate a larger collection of analog operators. The operation
of a sequence of s € N envelope detectors with bias vector
a® = (ay,ap, -+ ,as) is captured by the iterative relation
Ay (x,a®) = |A;_1(x,a®") — ayl, s > 1. It should be noted that
concatenating large numbers of envelope detectors leads to
increased circuit noise, and power consumption. Hence, there
is a tradeoff between power-consumption, circuit complexity
and robustness, and degrees of freedom in generating analog
processing functions which in turn affects the set of achievable
rates. This tradeoff is quantified in this section by deriving the
set of achievable rates in terms of the number of concatenated
envelope detectors.

B. Communication Strategies and Achievable Rates

In this section, we determine the optimal number and
resolution of ADCs required at the receiver terminal to maxi-
mize system throughput, taking into consideration the signal-
to-noise ratio of the channel and the ADC power budget.
Additionally, we investigate the channel capacity for a given
communication system, parametrized by (Pr, Papc,h, 9).

Definition 1 (Quantizer). Given a threshold matrix t €
R and functions f; € F2, a quantizer Q : R —
[£]" characterized by the tuple (€,6,ny, f",1) is defined as
00) 2 (Q1(), 020), -+, 0n (), where Q;(y) £ k if and only
if fiy) € [t(j, k), t(j,k + 1)1, j € [ny]. The associated partition
of OC) is:

P ={P,ie [£]"} — D, where P; ={y € RIQ(y) = i},i € [£]™.

For a quantizer Q(-), we call y € R a point of transition
if the value of Q(-) changes at input y, i.e. if it is a point
of discontinuity of Q(:). Let r be a point of transition of Q(:).
Then, there must exist output vectors ¢ # ¢’ and € > 0 such that
O@y) =c,ye(r—er)and Q(y) =¢’,y € (r,r+¢€). So, there ex-
ists j € [n,] and k € [£—1] such that f;(y) < #(j, k),y € (r—¢,r)
and fj(y) > t(j, k),r € (r,r + €), or vice versa; so that r is a
root of the function f;x(y) = f;(y)—t(j, k). Let ri,ra,--- ,r, be
the sequence of roots of fji(-), j € [n4], k € [£ — 1] (including
repeated roots), written in non-decreasing order, where y = ({—
l)nq25. Let C = (cg, ¢y, -+ , ¢)) be the corresponding quantizer
outputs, i.e. ¢,_1 = limy_”i— O®),i € [y] and ¢, = limy_,, Q).

+ o
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Fig. 6. The quantizer outputs in Example 2. The first four rows show the
sign of the function fjx, j k € {1,2} for the values of y within each interval.
The last row shows the quantizer output in that interval.

We call C the code associated with the quantizer and it plays
an important role in the analysis provided in the sequel. Note
that the associated code is an ordered set of vectors. The size
of the code |C| is defined as the number of unique vectors
in C. Each ¢; = (¢i1,¢i2," - sCing)s1 € {0, 1, , v} is called
a codeword. For a fixed j € [ng], the transition count of
position j is the number of codeword indices where the value
of the jth element changes, and it is denoted by «;, i.e.,
Kj = ZZ:] 1(ci—1,; # ci,j). It is straightforward to see that
|[P| = |C| since both cardinalities are equal to the number of
unique outputs the quantizer produces. The following example
clarifies the definitions given above.

Example 2 (Associated Code). Let n, = 6 = 2 and
¢ = 3 and consider a quantizer characterized by analog
processing functions f1(y) = Ax(y,(2,4)) = |y — 2| — 4| and
L) =Ax(,(4,0) = [yl —4|,y € R, and thresholds

t(1,1)=0, t1,2)=1, 2, )=1, 12,2)=2,
We have:
S =1ly=2-4-1, fis() =Iy-2/-4
La) =1y —4-1,  f.0) =1yl -4 -2

The ordered root sequence is (ry,r2,--- ,r10) = (—6,-5,-3,
-2,-1,2,3,5,6,7). The associated partition is:

P = {[~00,-6),(=6,-5),(~5,-3),(~3,-2), (-2, - 1), (~1,2),
(2.3).(3.5).(5.6).(6,7). (7, 00)}.

The associated code is given by 22,21,20,11,02,12,
11,10,01,12,22. This is shown in Figure 6. The size of the
code is |C| = 8. The high SNR capacity of a channel using this
quantizer at the receiver is log |P| = log|C| = log8.

1) Single Envelope Detector and One-bit Quantization: As
a first step, we investigate scenarios with £ =2 and 6 = 1. We
will build upon this to derive capacity expressions for ¢, £ € N.
It can be noted that since 6 = 1, each fj(y) is of the form
[y — ajl| for some a; € R. We sometimes write f,, ;(v) = |y — ajl
to explicitly denote the value of a;. Given threshold ¢; > 0
the roots of fy, ;(y) — ¢; are equal to a; + t;. The following
proposition provides the high SNR capacity when £ = 2,6 = 1.

Proposition 1 (High SNR SISO Capacity with One-bit
ADCs and Single-level Envelop Detectors). Let h € R, h # 0,
and ng > 1. Further assume that the ADC resolution is limited
to £ = 2. Then,

Pupc
2a

where « is the unit of power consumption for a one-bit ADC.

Plim Cen(Pr, Papc,h, 1) = 1 +1log| 1,



Proof. Please see Appendix A. O

The following theorem provides a computable expression
for the capacity under general assumptions on channel SNR.

Theorem 1 (SISO Capacity with One-bit ADCs and
Single-level Envelope Detectors). Consider a system
parametrized by (Pr,Papc,h,d), where Pr,Pspc > 0,h €
R,ng > 1, and 6 = 1,€ = 2. Then, the capacity is given by:

sup sup sup I(X ;Y),
xeR?>"a*! Px€Px(Pr) teR>a

where n, = P;(’;", Y= Q(hX + N), N ~ N(0, 1), Px(P7) is the

set of probability distributions defined on {x1,xa, -+, Xon,+1}

such that B(X?) < Py, and Q) = k if y € [tr,trr1], k €

{L,---,2ny] and Q(y) =0 if y > fon, OF' y < 1.

Cenv(Pr, Papc, h,6) = 2

Proof. Please see Appendix B. )

2) Low-resolution ADCs and Concatenated Sequences of
Envelope Detectors: Next, we consider systems with § >
1,¢ > 2. Recall that for 6 > 1, each fi(y),j € [n,] is
of the form fi(y) = As(y, a‘;) = |As_1(y, a‘;‘l) - ajsl, where
Ai1(y,a;1) = |y — ajil. For tractability, we use the notation
e, 10) = A5y, a5) to explicitly denote the bias vector af used
for the jth analog function. The following example introduces
the concept of degenrate bias vectors for a given threshold
matrix t.

Example 3 (Degenerate Bias Vector). Let n, =1,{=3,6=
2, and consider the thresholds t,; = 1 and t,, = 2. Given a
bias vector, (a1, ay), the associated analog function is fa? M=
lly — a1l — az|. The ADC output is

0 ifly—ail-ax<1
0y =131 ifl<|y-ail-al<2.
2 if2<|ly-ail-al

Note that if a, — 1 < 0, then this would be equivalent with:

0 fly-all<l+a
0) =<1 ifl<ly-al<2+a;.
2 if2+m<ly-al

In this case, the second envelope detector does not affect the
quantization process and can be omitted without change in
quantizer output, i.e., the input to the corresponding absolute
value is always positive, so it can be removed.

We call bias vectors a?, J € [ny] which yield redundant enve-
lope detectors, such as the one in Example 3, degenerate bias
vectors. The following proposition characterizes the necessary
and sufficient conditions for non-degeneracy of bias vectors.

Proposition 2 (Non-Degenerate Bias Vectors). Let the
threshold vector corresponding to the jth ADC be ™', where
J € [ngl. The bias vector of the corresponding analog operator
fi() is non-degenerate if and only if:

5
0<t + Z(—l)b"ai, Vb; € {—1,1}.
=2

3)

The proof follows by noting that from definition 0 <
), < tp < .-+ < ty—1 so that Equation (3) guarantees
0 <t +X0,(=Da; for all k € [€ — 1], and is thus sufficient
to ensure non-degeneracy. We will use the following notion
of a fully-symmetric vector in deriving properties of roots of
quantizers with non-degenerative bias vectors.

Definition 2 (Fully-Symmetric Vector). A vector b =

(b1,ba, -+ ,by) is called symmetric if b; + by_; = b; +
byi_j,i, j € [2"=1]. b is called fully-symmetric if it is symmetric
and the vectors (by, by, -+ ,by-1) and (by-1,1, byn-1,9, -+ , byn)

are both fully-symmetric for n > 2 and symmetric for n = 2.

For instance, the vector b = (-7,-6,-5 — 4,4,5,6,7) is
fully symmetric since it is symmetric and (-7,-6,-5 — 4)
and (4,5,6,7) are both symmetric. As observed in previous
section, the number and shape of the quantization Voronoi
regions depends on the roots of the analog processing function.
The following proposition characterizes useful properties of
the roots which are used in the subsequent sections to derive
capacity expressions of various communicaiton systems.

Proposition 3 (Properties of Roots of Associated Analog
Functions). Consider a quantizer Q(-) with threshold matrix
t € R and analog processing functions fi(),J € ng,
such that the corresponding bias vectors are non-degenerate
and fix(:) £ f;() = 1(j, k), j € [ngl,k € [€ = 1] do not have
repeated roots. Let ry,ry,--- ,r, be the increasing sequence
of roots, where y £ (€ — 1)n,2°. Then, there exists a partition
{Pir, J € [ngl,k € [€— 11} of [y] such that

1) 1Pkl =20, j €lngl.kell—1].

2) For j € ngl,k € [€~1], let P = {i1, iz, -+ , i}, Where ij <
ij for j < j. The vector (ri,,riy,- "+ ,ri,) is fully-symmertric,
3) Forall j € [ny],k, k" € [€-1], we have rir—rlfr = ri;—rlf;,it, ij €
[29], where ri,,ry € Pjx and rlft, rlf; €EPjp.

The proof follows by taking each #;; to be the ordered set
of roots of fj; for a given j € [ngl,k € [€ — 1] and using
properties of the absolute value. The following proposition
states several useful properties for the code associated with a
quantizer Q(-).

Proposition 4 (Properties of the Associated Code). Consider

a quantizer Q(-) with threshold matrix t € R"XED sych that

0 <1t ))<tG,j)iclngl,jj €lf—11,j<j, and analog

processing functions f(-), j € ng, such that the corresponding

bias vectors are non-degenerate and fiy(-) = fi(-) —1(j,k), j €

[ny],k € [€ = 1] do not have repeated roots. The associated

code C satisfies the following:

1) The number of codewords in C is equal toy = (€—1)n,2° +
1, ie. C= (Co,Cl, ce ,Cy_l).

2) All elements of the first codeword ¢y are equal to £—1, i.e.
cio=C-1,ie{0,1,--- ,y -1}

3) Consecutive codewords differ in only one position, and
their Ly distance is equal to one, i.e. Z';il cij — cir1,jl =
1,ie{0,1,---,y— 1}

4) The transition count at every position is K;
1)2°, j € [ng].

5) Let iy, ir, -+ ,i, be the non-decreasingly ordered indices
of codewords, where the jth element has value-transitions.

=X = (-

g



Then, the sequence (c;, j,Ci, ), ** ,Ci,;) is periodic, in each

period it takes all values between 0 and € — 1, and |c;, j —

Ciror,jl = 1,k € [k — 1] holds. Furthermore, c;, ; € {0,£ - 1}.
6) |C| < min(€", (£ — l)an‘s).

Proposition 4 is an extension of the properties shown in the
proof of Theorem 1. We provide a brief justification of each
property in the following. Property 1 follows by the fact that
the number of codewords in C is equal to the number of roots
of fir, j € [ngl, k € [€—1] plus one (e.g., see Figure 6). Property
2 and 6 follow by a similar argument as Equation (9) in proof
of Proposition 1. Properties 3 and 5 follow by the fact that
each root of fjx, j € [ny],k € [€ — 1] corresponds to a value
transition in the output of exactly one of the ADCs (since
the roots are not repeated) and at each transition the value
changes either one unit up or down since in the input crosses
one threshold at a time at its value is changed continuously.
Property 4 follows by the fact that the transition count at each
position is equal to the number of roots of fj,k € [ — 1] for
a fixed j € [ng].

As a step towards characterizing capacity when £ > 2,6 > 1,
we first study the capacity region for systems with one-bit
ADCs, i.e., £ = 2,6 > 1. To this end, we prove two useful
propositions. The first one shows that given an ordered set
C satisfying the properties in Proposition 4 and a sequence
of real numbers (ry,r, - ,r,) satisfying the properties in
Proposition 3, one can always construct a quantizer whose
associated code is equal to C and whose roots sequence is
(ri,r2,--+,1y). The second proposition provides conditions
under which there exists a code satisfying the properties
in Proposition 4. The proof ideas follow techniques used
in study of balanced and locally balanced gray codes [50],
[51]. Combining the two results allows us to characterize the
necessary and sufficient conditions for existence of quantizers
with desirable properties.

In the statement of the following proposition, for a given
code C, we have used the notation &;,&,--+,&,; for the
transition sequence of C. That is, &,k € {1,...,y — 1} is the
bit position which is different between ¢;_; and ¢;. We have
defined the transition sets 1; = {s|& = j}, j € [n,]. Note from
Property 5) in Proposition 4, we have |7 ;| = k; = 2°.

Proposition 5 (Quantizer Construction). Let { = 2,n, € N
and 6 > 1 and consider an ordered set C C {0, 1} satis-
fying properties 1)-5) in Proposition 4, and a sequence of
increasing real numbers 1,1y, , 1y, Where y = nq25, such
that (r;,s € I;) is fully-symmetric for all j € [n,], where I ;
are the transition sets of C. Then, there exists a quantizer
O() with associated analog functions fi(-),j € [ng] such
that its associated code is C, and 7,12, ,1), is the non-
decreasing sequence of roots of its associated analog functions
fu)j € Ingl.k e [€ =11,

Proof. Please see Appendix C. O

Proposition 6. (Code Construction) Let £ = 2, n; € N, and k;,
K2, , Ky, be even numbers such that |k;—«ky| < 2, j, j’ € [ng].
Then, there exists a code C with transition count at position j
equal to kj, j € [ny] satisfying properties 1), 2), 3), and 5) in
Proposition 4 such that |C| = min{2", 2711 K;j}. Particularly, if

Kj = 2, je [ny], then there exists C with |C| = min{2”‘l,n42‘5}
satisfying properties 1)-5) in Proposition 4.

Proof. Please see Appendix D. O

Using Propositions 5 and 6, we characterize the channel
capacity for £ = 2 and ¢ > 1. Let us define I'(n,,¢) =
min(2",n,2° + 1) and the set 71, € R™7' as the set of
sequences of increasing real numbers r(,7s,---,r,, where
y = nq26 for which there exists a partition {7}, j € [n,]} of [J]
such that (r;,s € 1) is fully-symmetric for all j € [n,], and
there exists a code satisfying Properties 1)-5) in Proposition
4 whose transition sets are equal to 7, j € [n,;] and which
has exactly one repeated codeword, i.e., only the first and last
codewords are repeated. The following theorem characterizes
the channel capacity.

Theorem 2 (SISO Capacity with One-bit ADCs and Multi-
-level Envelope Detectors). Consider a system parametrized
by (PT,PADc,h,(S), where Pr,Papc > O,I’l eR §>1, and
assume that the ADC resolution is restricted to € = 2. Then,
the capacity is given by:

max

y=Ta(ny,0):
(ng,)EN(Papc)

sup  sup supI(X;?),
XeRY PyePx(Pr) teT,

Cenv(PTv Pspc, h, 6) =

“4)
where Y = Q(hX + N), N ~ N(0,1), Pu(Pr) is the set of
distributions on {xi,x,--- ,x,} such that E(X?) < Py, and

0 = kifye€ ltrtrml k € f{l,---,y =1} and Q@y) = 0 if
Y>>t ory<t.

The proof follows by similar arguments as in the proof of
Theorem 1. The converse follows from Proposition 4 Item 4).
Achievability follows from Proposition 6.

The region given in Theorem 2 is difficult to analyze since
finding the set 7, may be computationally complex. Inner
bounds to the achievable region may be numerically derived
by assuming additional symmetry restriction such as uniform
quantization restrictions. This is studied in more detail in the
numerical evaluations provided in Section VII.

For scenarios with £ > 2 and 6 > 1, let us define I', =
min(£", (£ — Dn,€° + 1) and the set 7, € R™"! as the set of
sequences of increasing real numbers ry, 75, -+ ,r, satisfying
the properties in Proposition 3, for which there exists a code C
satisfying Properties 1)-5) in Proposition 4 such that i) the sets
Pk, J € [ngl,k € [€—1] in 3 are the indices of the codewords
of C which have transition to or from value k in their jth
element, and ii) C has exactly one repeated codeword, i.e.,
only the first and last codewords are repeated. The following
theorem characterizes the channel capacity. The proof follows
from Propositions 4 and 6 similar to the arguments given in
the proof of Theorem 1.

Theorem 3 (SISO Capacity with Few-bit ADCs and Multi-
-level Envelope Detectors). Consider a system parametrized
by (PT,PADc,h,5), where PT,PADC > 0,/’1 €R, and 6 € N. Let
Iy, € € N be the maximum size of codes satisfying condition



1)-5) in Proposition 4. Then,

sup sup sup I(X;Y), (5)
XERY PyePy teT,

Cens(Pr, Papc,h,0) = max

v=L¢(ngy,0):
(ng,0)EN(Papc)
where Y = QX + N),N ~ N(,1), Px(Pr) consists of
distributions on {x1,x,-+-,xy,} such that E(X?) < Pr, and
00) =kifyelt,tinl,k€ly—11and Q) =0 if y > 1,
ory <Ht.

Optimizing (5) requires calculating I'y(n,,¢). The total
number of codes satisfying conditions 1)-5) in Proposition
. -1)2%n,
4 is bounded from above by ((5—1)2_",((5—1))2”;-7,(€—1>2°)' Hence,
for systems with a few low-resolution ADCs and small ¢
(6 = 1,2), one can find I';(ngy, £) by searching over all such

codes.

V. SISO SysteEMs wiTH PoLYNOMIAL OPERATORS

In the previous section, we investigated the channel capacity
for SISO systems (analog beamforming) when sequences of
concatenated envelope detectors are used for analog signal
processing. In this section, we evaluate the resulting channel
capacity when analog polynomial operators are used instead
of envelope detectors.

Example 4 (Associated Code). Let n, =6 =2 and € = 3 and
consider a quantizer characterized by polynomials f,1(y) =
y? +2y and f,5(y) = y* + 3y,y € R, and thresholds

t(1,1)=3, «1,2)=0, 2,1)=10, 1(2,2)=18,
We have:

far 1) =" +2y =3,
fa21(y) =y* +3y - 10,

fa12() =y +2y
far2(y) =y* +3y—18.

The ordered root sequence is (ri,ra,---,rg) = (=6,
-5,-3,-2,0,1,2,3). The associated partition is:
P = {[~00,-6),(~6,-5),(~5,-3),(-3,-2),(-2,0),
0,1),(1,2),(2,3), 3, 00)}-
The associated code is given by 22,21,20,10,
00, 10,20,21,22. The size of the code is |C| = 5. The

high SNR capacity of a channel using this quantizer at the
receiver is log |P| = log|C| = log 5.

As a first step, we show the following proposition about
properties of codes and their associated polynomial functions
which is analogous to Proposition 4 which addressed codes
and their associated envelope-detector-based analog processing
functions. The proof follows by similar arguments as that of
Proposition 4 and is omitted for brevity.

Proposition 7 (Properties of Code and Associated Polyno-
mial Functions). Consider a quantizer Q(-) with threshold
matrix t € R@%D and associated polynomials fi() €
F oy J € gy such that fix(-) £ fi()=1(j,k), j € [ngl. k € [€=1]
do not have repeated roots. The associated code C satisfies the
following:

1) The number of codewords in C is equal to y = ({—1)dn,+1,

i.e. C=(cp,C1, ",y 1)

2) All elements of the first codeword ¢ are either equal to
¢ —1 or equal to O, ie. cip = 0,i € {0,1,---,y—1} or
Cio =¢(-1,i€{0,1,--- , Y — 1}.

3) Consecutive codewords differ in only one position, and
their Ly distance is equal to one, i.e. Z';il cij — cir1,jl =
1,ie{0,1,--- ,y— 1}

4) The transition count at every position is Kj = y:/—q = (-
1)é, j € [ng].

5) Let iy, ir, -+ ,i, be the non-decreasingly ordered indices
of codewords where the jth element has value-transitions.
Then, the sequence (c;, j,Ci, ), ,Ci,;) is periodic, in each
period it takes all values between 0 and £ -1, and |c;, j —
Civar,jl = 1,k € [k = 1] holds. Furthermore, c;, j € {0, — 1}.

6) If 6 is even, then |C| < min(t", (£ — 1)dny) and if § is odd,
then |C| £ min(£", (£ — 1)dn, + 1)

Using Proposition 6 and Proposition 7, and following the
arguments in the proof of Theorem 2, one can prove the
following theorem.

Theorem 4 (SISO Capacity with Few-bit ADCs and Poly-
nomial Analog Operators). Consider a system parametrized
by (Pr, Papc, h,0), where Py, Papc > 0,h € R, then for even-
valued 6, we have:

sup sup sup I(X; ’17),

XERY PxePx(Pr) teR7-!

Cpoly(PT, PADC, h, 6) = max
y=I'(ny,0):

(ng,0)eN(Papc)
(6)

and for odd-valued 6, we have:

max
y=I(ny,0):
(ng,0)eN(Papc)

sup sup sup I(X;?) < Co(Pr,Papc,h,0)
XeRY PxePy(Pr) teRY-!
(7)
< max sup sup sup I(X; ?),
V=01 yeRy PyePx(Pr) teRY -1
(ng,0)eN(Papc)

Panc

where n, = =<, F(nq,’{i) £ min(¢", (£ — 1)ny), T"(ny, £) £
min({", (€ — 1)dn, + 1) ¥ = Q(hX + N), N ~ N(0,1), Px(Pr)
is the set of distributions on {x, x2,-- , x,} such that E(X?) <
Py, and Q(y) = kify € [ty, k1], k€ {1,--- ,y—1]and Q(y) =0
ify>t,1ory<t.

We make the following observations regarding the achiev-
able regions in Theorems 3 and 4:
1) It can be noted from Equations (4) and (7) that the capacity
expression for odd and even values of § are not the same.
This is due to Property 6) in Proposition 7 which gives
different number of unique codewords for odd and even 6.
The reason is that while even degree polynomials yield the
same output sign as their input converges to —co and oo, for
odd degree polynomials the output signs are different as their
input converges to —co and oco. This can potentially yield a
larger number of unique codewords in the associated code of
the quantizer since the first and last codeword are not equal
to each other. This is in contrast with Theorem 3, where the
capacity expression is the same for even and odd values of o.
The reason is that the for absolute values the output sign is
positive as their input converges to —co and oo.
2) The region given in Theorem 4 strictly contains that of



Theorem 3 for the same value of y. The reason is that envelope
detectors generate absolute value functions which force a
symmetric structure on the Voronoi regions of Q(-). This
manifests in the fully-symmetric condition t € 77, in Theorem
3 and the properties given in Proposition 3; whereas for
polynomial functions, no such symmetry is required and hence
the optimization in Theorem 4 is over all t € RY. However,
as shown in Section VIII generating polynomial operators of
degree up to ¢ requires a larger power budget compared to
concatenating ¢ envelope detectors. This points to a rate-power
tradeoff in using envelope detectors and polynomials operators.
3) One potential approach to improve upon the capacity of the
system in Theorem 3 is to augment the envelope detectors by
linearly combining their output with the original signal. That
is, to generate operators of the form f(y) = [y—al+by,a,b € R
instead of f(y) = |y — al,a € R. This removes the fully-
symmetric condition t € 7, in Theorem 3 and yields a
larger channel capacity. However, such linear combinations
are challenging to implement using analog circuits due to
timing issues in synchronizing the output of the envelope
detector with the original signal. We hope to address these
implementation challenges in future works.

4) For envelope detectors, the dimension y is equal to ny(f -
1)2°, whereas for polynomial operators, it is equal to ng(€=1)6.
So, the dimension of the optimization space increases faster
when concatenating envelope detectors compared to when
increasing the polynomial degree. That is, at high SNRs, the
capacity in Theorem 3 is larger than that of Theorem 4 for the
same value of ¢ > 1. This is also observed in the numerical
evaluations in Section VII.

VI. A HysBriD BEAMFORMING ARCHITECTURE WITH ONE-BIT
ADCs

In the previous sections, we have investigated the chan-
nel capacity for SISO systems (under analog beamforming)
equipped with different collections of implementable analog
functions. In this section, we consider hybrid beamforming
with one-bit ADCs, where the beamforming vector at the
receiver w € R maps the received signal Y™ to Y™, where
ng > 1 (Figure 2). In this case, we provide a quantization
setup, using envelope detectors, which accommodates QAM
modulation, and derive an inner bounds to the system capacity.
In the next section, we numerically evaluate the resulting
capacity and provide comparisons with prior works.

A. Quantizer Construction

We assume that n, > n,, otherwise, one can use analog
beamformers to further reduce the dimension of the beam-
former output without performance loss in terms of achievable
rates. As mentioned in Section II-A a quantizer is charac-
terized by its analog processing functions f;(-), j € [n,] and
one-bit ADC thresholds '« € R™. Let us fix a threshold step
parameter { > 0. We take the analog processing functions as
follows:

37]' lf j S nS5
fi0™) = s
! ;I if j>ny,

Fig. 7. The quantizer outputs and Voronoi regions in Example 5.

where j is the module n, residual of j. We take the threshold
values as follows:

. 0 if j <ny,
"R it >
This choice is clarified through the following example.

Example 5 (Choice of Thresholds). Let n, = 2, n, = 6,
and { = 1. Then, for the construction described above, the six
one-bit ADC operations are as follows:

01:9150, O:y:s0, O3:[nls1,
Os:mlsl, Os:hils2, Qs:bals2

The quantizer outputs are shown in Figure 7. Note that this
resembles a 16-QAM modulation.

B. Achievable Rates at High SNR

As argued in Section IV, the high SNR capacity is equal to
the maximum number of quantization regions which can be
generated given the number of ADCs n,, with ADC resolution
equal to ¢, and set of implementable analog functions 7.
The following theorem provides upper and lower bounds on
the high SNR channel capacity of beamforming architectures
equipped with envelope detectors for analog signal processing.

Theorem 5 (High SNR Capacity of Hybrid-Beamforming
System). Assume that the channel matrix observed after
beamforming is full-rank, i.e. the rank of w"hf is equal to n.
Let C,,,(Pr, Papc, ns, 6, ) denote the channel capacity under
power constrain Pr. Then,

ng — Ny .
ng|1 +log(£—1)+log ; < th (8)
N (26— Dn
Cenv(PT,PADC, nS7 1) S logZ( ( k ) q)’
k=0
where n, = P‘Z‘—(‘I’C.

The lower bound in Equation (8) is achieved by the quan-
tizer described in this section. To see this, note that by con-
struction, the quantizer partitions each axis into 2(£— 1) (""n—zn‘)
intervals, and each resulting quantization region is mapped to a
unique quantizer output (e.g., Figure 7). So, the total number
of unique quantizer outputs is |C| = 2(€ - 1)(%))"5. The
result follows by noting that the communication rate is log|Cl.

The upper bound follows by counting the number of partition
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regions generated by 2(£—1)n, hyperplanes in general position
in the ng-dimensional Euclidean space (e.g. [(]). Figure 8
provides numerical simulations of the i) upper bounds and ii)
lower bounds in Equation (8) and iii) the high SNR channel
capacity under hybrid beamforming without analog processing
derived in [10] for ny = 3. It can be observed that the proposed
architecture outperforms the one in [0] if the number of one-
bit ADCs is larger than n, = 8.

VII. NUMERICAL ANALYSIS OF CHANNEL CAPACITY

In this section, we provide a numerical analysis of the
capacity bounds derived in the prequel and evaluate the gains
due to the use of nonlinear analog components in the receiver
terminal.

A. Capacity Evaluation for Envelope Detector Architectures

We compute an inner-bound to the capacity expression of
the SISO system in Theorem 3, for various SNR values and
as a function of the number of ADCs n, and the number
of concatenated envelope detectors ¢. To this end, we first
use the extension of the Blahut-Arimoto algorithm to discrete
memoryless channels with input cost constraints given in [5”]
to find the best input distribution. Then, we conduct a brute-
force search over all possible uniform quantizers. In order to
find the mass points of X, we discretize the real-line using a
grid with step-size 0.1, and optimize the distribution over the
resulting discrete space. Fig. 9 shows the resulting achievable
rates for SNRs in the range of -5 to 40 dB for various values
of (ng,0). Observe that without nonlinear analog processing,
for £ = 2, the high SNR capacity is logn, +1 [0]. So, for
instance, for n, = § = 2, the inner bound in Figure 9 surpasses
the high SNR capacity without nonlinear analog processing for
SNRs higher than 15dB, and its high SNR capacity is more
than 25% greater than the case when there is no nonlinear
analog processing.
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architectures using polynomial operators.

B. Capacity Evaluation for Polynomial Operator Architec-
tures

We numerically evaluate the inner bound to the capacity re-
gion given in Theorem 4. Similar to the previous case, we first
use the extension of the Blahut-Arimoto algorithm to find the
best input distribution. Then, we conduct a brute-force search
over all possible threshold vectors. To find the mass points of
X, we discretize the real-line using a grid with step-size 0.1,
and optimize the distribution over the resulting discrete space.
Figure 10 shows the resulting achievable rates for SNRs in the
range of -5 to 40 dB for various values of (ny,0). It can be
observed that the performance improvements due to the use of
higher degree polynomials are more significant at high SNRs.
Furthermore, it can be observed that the set of achievable rates
only depends on min(£", ({—1)én,+1). As aresult, for instance
the achievable rate when n, = 2, = 2,6 = 2 is the same as that
of ng =3,£=2,6 =1 as shown in the figure. So, in this case,
using higher degree polynomials can compensate for a lower
number of ADCs. On the other hand, the achievable rate for
ng=3,0=2,6 =1 1is lower than that of n, =3,{=2,6 =2
as shown in the figure. So, using higher degree polynomials
leads to rate improvements in this scenario.
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C. Achievable Inner-Bound for Hybrid Beamforming with
Envelope Detectors

We numerically evaluate the inner-bound to the channel ca-
pacity which is achievable using the beamforming architecture
described in Section VI. We have simulated the communica-
tion system for ny = 2, £ = 2, and n,, € {5, 6} and found an esti-
mate of the achievable rates empirically. The results are shown
in Figure 11. To perform the simulation, we have optimized
the threshold parameter ¢, the input alphabet values x € R?,
and the probability distribution Py on the alphabet of the
input points using a gradient descent optimization method. We
have simulated the channel by generating 15000 independent
and identically distributed samples of noise vectors and input
messages. We have used the empirical observations to estimate
transition probability of the discrete channel resulting from
the quantization process. We have used the Blahut-Arimoto
algorithm to find the capacity of the resulting channel. It can
be observed in Figure 11 that for n, = 5, the high SNR
rate is larger than the ns(l + log(%)) lower-bound given
in Theorem 4, whereas it is equal to this lower-bound for
ng = 6.

VIII. Circuit DESIGN FOR PoLYNOMIAL OPERATORS AND ENVELOPE
DETECTORS

In this section, we provide power simulation and measure-
ment results using 22 nm FD SOI CMOS technology and
65nm Bulk CMOS technology. These measurements build
upon [55]. Figure 12 shows the architecture of a conventional
hybrid beamforming receiver (left) and the proposed receiver
(right). It can be noted that the main difference between the
two architectures is that the linear analog combiner, imple-
mented in baseband, is replaced by a set of non-linear analog
operators.

A. Analysis Based on 65 nm Bulk CMOS Technology

In the following, we provide two circuit designs for envelop
detectors and polynomial operators to show the feasibility
of the proposed architecture using the 65 nm Bulk CMOS
Technology. There are two main advantages to this technology
compared to the 22nm technology considered in the sequel: 1)
65 nm technology has a higher nominal supply voltage than 22
nm and if the realized analog operators remain power-efficient,

deploying the proposed receiver architecture across a larger
group of CMOS technologies is justified. 2) SOI technologies
exhibit more threshold voltage variation compared to the
bulk CMOS technologies which will impact the operation of
baseband circuitry [50]. Meanwhile, the 22 nm technology
offers faster transistors which are better choices for the mm-
wave signal chain. Therefore, both single-die designs where
baseband and mm-wave chain co-exist on the same chip as
well as two-die solutions deploying Bulk CMOS for baseband
and SOI CMOS for the mm-wave chain can be pursued.

B. Polynomial Function Circuit Design

We assume that we are given a direct current (DC) signal
(proportional to the bit value) and our objective is to produce
a polynomial function of degree up to four of the input
DC value. In practice, there are two methods to achieve
this objective: (i) DC domain nonlinear function synthesis
based on the quadratic I-V characteristic of the transistor and
increasing the order of polynomial by cascading circuits [57/],
(ii) translating DC values to sinusoidal waveforms, and then
generating harmonics of these waveforms whose amplitude
is polynomially dependent on the fundamental frequency am-
plitude. The former has a simpler circuitry; however it can
only be used to produce a specific set of polynomials, i.e.,
restricted polynomial coefficient values. The latter can pro-
duce polynomials with arbitrary coefficients through efficient
filtering of undesired harmonic terms. However, it comes with
higher power consumption and more complex circuitry, and its
implementation requires careful characterization of transistors’
nonlinearity, e.g., using Volterra-Weiner series representation
methods [5°], [59].

To explain the proposed construction, let us consider the
problem of producing the fourth order polynomial f(x) =
x* + x2, where x is the DC input value. Since naturally the
amplitude level of the fourth harmonic is less than that of
the second harmonic, for a sinusoidal waveform, a harmonic-
centric power enhancement at the fourth harmonic is needed to
produce the desired polynomial. Fig. 14(a) shows a circuit to
generate f(x) = x*+ x2. In order to generate equal amplitudes
at the second and fourth harmonics, the power gain of the
transistors generating the fourth harmonic should be larger,
leading to an increased power consumption in generating the
fourth order term compared to the second order term. Figure
14(b) illustrates numerical values for the power consumption
of the proposed circuit through simulations. It can be observed
that the ratio of the power consumption for the generation of
fourth order term compared to the second order term increases
with frequency since the transistor power gain drops at higher
frequencies. It is noteworthy that by increasing the baseband
bandwidth to support higher data rates, a higher frequency
for the generation of polynomials in Fig. 14 may be needed.
The simulated results in Fig. 14 are based on 65nm Bulk
CMOS technology. The power consumption can be reduced
by transitioning into smaller transistor nodes.

C. Implementation of Envelope Detectors

The circuit block diagram of the proposed multi-step en-
velope detector is shown in Fig. 15(a). Compared with the
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Power Breakdown in Conventional Receiver
BF LNA Phase Shifter [~ ] | Combiner’ | Mixer* ADC [1] Total (mW) | Rate | Rate/Power
Analog 16 x 10 16 x11.5 1x19.5 Ix142 | 1x2x70fJ x 2% x 10° x 10° 413.54 8 0.0193
Hybrid (K =2) | 16 x 10 16 x11.5 2x19.5 2x 142 [ 2x2x70fJ x 28 x 107 x 107 483.08 16 0.0331
Power Breakdown in Proposed Receiver (envelope detectors)
BF LNA Phase Shifter [*°] | Combiner’ | Mixer* | NL Operator ADC [-]F Total (mW) | Rate | Rate/Power
Analog 16 x 10 16 x11.5 1x19.5 1x14.2 1x3 32x2x70fJ x 2> x 107 x 10° 416.54 8.807 0.0211
Hybrid (K =2) | 16 x 10 16 x11.5 2x19.5 2x14.2 2x3 64 x2x70fJ x 23 x 107 x 10° 489.08 17.615 0.0360
Power Breakdown in Proposed Receiver (2nd order polynomial)
BF LNA Phase Shifter [-°] | Combiner’ | Mixer* | NL Operator ADC [ Total (mW) | Rate | Rate/Power
Analog 16 x 10 16 x11.5 1x19.5 1x14.2 1x5 32x2x70fJ x 23 x 107 x 10° 418.54 8.807 0.0210
Hybrid (K =2) | 16 X 10 16 x11.5 2x19.5 2x14.2 2x5 64 x2x70fJ x 23 x 107 x 10° 493.08 17.615 0.0357
Power Breakdown in Proposed Receiver (4th order polynomial)
BF LNA Phase Shifter [-°] | Combiner’ | Mixer* | NL Operator ADC [ Total (mW) | Rate | Rate/Power
Analog 16 x 10 16 x 11.5 1x19.5 1x14.2 1x10 32x2x70fJ x 23 x 107 x 10° 423.54 9.807 0.0232
Hybrid (K =2) | 16 X 10 16 x11.5 2x19.5 2x14.2 2x10 64 x2x70fJ x 2> x 107 x 10° 503.08 19.615 0.0390

" For each RX, a four bit binary weighted current adder is implemented with 1.6mW power consumption
# Both power consumption of one-bit-ADC and 8-bit-ADC are normalized from the reference
* For the 4th order polynomial, the data rate and subsequently the count of ADCs is twice that of second order polynomial.

Fig. 13. The breakdown of power consumption for the receiver in a conventional architecture and the proposed architecture. It is evident that the proposed

architecture lowers the total power consumption of the entire receiver chain substantially

conventional pipe-line ADC shown in Fig. 15(b) this circuit
exhibits major power saving by removing the one-bit DAC
and subtractor used in each stage. In terms of functionality,
the linearity in both scenarios is mainly limited by gain
and bandwidth of operational amplifiers (Op-amp) used in
functional blocks.

The operational amplifiers deployed in the envelope detector
are two-stage differential to single-ended amplifiers with gain-
bandwidth product (GBW) of 32 GHz in Fig. 16(a). This GBW
allows to amplify signals up to 10 GHz with a gain above
15 dB, which is critical for the operation of the envelope
detector shown in Fig. 16(b). The resistors in this circuit
establish a trade-off between the bandwidth and the waveform
distortion. In other words, the larger resistance value leads to
smaller distortion of the flipping negative part at the expense
of increasing the resistance associated with the output pole
of each envelope detector stage, and subsequently limiting the
bandwidth of operation. In our simulations, we assumed 5002
resistors. According to the simulation results shown in Fig. 17,
the higher gain of each operational amplifier leads to smaller
amplitude distortion at the output, which naturally is achieved
at the expense of a smaller bandwidth for the amplifier, thereby
leading to a distortion-bandwidth tradeoff.

By cascading multiple stages of the envelope detectors, as

mentioned in Section I'V the achievable data-rate increases. To
justify this claim, we have simulated the two-stage envelope
detector circuit in Fig. 15(a). The DC level shifter is realized
by diode-based circuits which consume no DC power and can
operate up to 6 GHz.

The simulated eye-diagram performance of the two-stage
envelope detector is illustrated in Fig. 18. It can be noted that
at such higher data rates (12 Gb/s), in contrast to lower data
rates where a square wave is feasible, sinusoidal waveforms
are the only feasible inputs to an ADC [60]. Therefore, in
our simulations we consider the input to the absolute value
function circuitry to be a sinusoidal waveform due to the
slewing effects [01].

An important characteristic of the envelope detectors is
the input dynamic range to support an output waveform
that follows the input amplitude with minimal deviation. By
increasing the input magnitude, the amplifier’s constituent
transistors will be pushed into nonlinear regions of operation,
and a “compression behavior” is observed. The point at which
this compression happens is an upper-bound on the magnitude
of input signals. This value is critical in scenarios where am-
plitude modulation is deployed in the transceiver. To evaluate
our proposed envelope detector, two modulation scenarios of
Pulse Amplitude Modulation (PAM)4 and PAMS modulation
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schemes are considered as the input to the envelope detector,
as shown in Fig. 18. In both cases, the output rectified eye
diagram exhibits clear distinction between the amplitude levels
(denoted by different colors) such that the comparators in
the following one-bit ADCs can distinguish the amplitude
levels with small error. The simulation results in Fig. 18
demonstrate that the amplitude ratios at the output follow
the input amplitude ratios even when the dynamic range of
input waveform is only between -400 to +400 mV. I can be
noted that a PAM-8 waveform in the receiver base-band can
be constructed by passing the QAM-64 signal (in Table I)
through a quadrature down-conversion mixer [6].

Theorems 2 and 4 show that the channel capacity depends
on the number of ADCs through nq2‘5f“" +1 and ny6 e + 1, Te-
spectively, so that the use of a envelope detectors and quadratic
analog operators instead of a linear operators (Jen, : 0 — 1
and 6poy : 1 — 2) has an equivalent effect on capacity as
that of quadrupling and doubling the number of ADCs n,,
respectively. This fact, along with the power consumption
values given in Figures 13 and 19 justify the use of nonlinear
analog operators. It is understood that power consumption is
dependent on circuit configuration, transistor size, and passive
quality factors. However, the values reported in this paper
based on recent demonstrations of a mm-wave transceiver in a
22 nm FDSOI CMOS technology serve as a proof-of-concept
to justify the effectiveness of the proposed receiver architecture
designs.

D. Analysis Based on 22 nm FDSOI CMOS Technology

In the Figure 13, the itemized and total power consump-
tion is compared between the two architectures in a 22 nm
FDSOI CMOS technology. For the power values in Figur

13, we assume a mm-wave carrier frequency of 60 GHz, RF
bandwidth of 1 GHz, and 16 channels. The reported power
consumption for RF elements are based on the measurement
results of the chip reported in [55] and the power consumption
of nonlinear operators and ADCs are based on post-layout
simulation results and analytical values in [03], respectively.

IX. ConcLusioN

The application of nonlinear analog operations in MIMO
receivers was considered. A receiver architecture consisting
of linear analog combiners, implementable nonlinear analog
operators, and few-bit threshold ADCs was designed, and the
fundamental information theoretic performance limits of the
resulting communication system were investigated. Further-
more, circuit-level simulations, using a 22 nm FDSOI CMOS
technology, were provided to show the implementability of
the desired nonlinear analog operators with practical power
budgets.

APPENDIX A
ProoFr or ProposiITION 1

Let n, = I_PQ—’;CJ. For a given quantizer with associated
code C, the high SNR achievable rate is log|P| = log|C].
So, finding the capacity is equivalent to finding the maximum
|C| over all choices of Q(:). First, let us prove the converse
result. Note that |C| < 2n, since ¢y = ¢,,. The reason is
that for the absolute value function Ja;.j(), J € [n4l, we have

limy e fo, ;) = limy_,_« fo, j(y) = 0. So,
co,j = yl_i}r_nw 1(fa,j—t;>0) = y11_>r£10 1(fa,j —tj > 0) = cau, .-
©))
As a result, log|C| < 1 +logn,. Next, we prove achievability.

1 . . 1,
Let t; = “=,j € [n,] and £, ;(») = Iy — j— “=1,j € [ng),

so that the roots of f, ;() —; are j and j — n, — 1. Then,

(r19r27"‘7r2ntl)=(_nq7_nq+17”.7_1’1’2""anq) and
o 1-1(G <9 if  i<n,,
c(i, )) = . . .
I(n,—j+1<i-n,) otherwise.
For instance, for n, = 3, we have C = (111,011,001,

000,001,011,111). Hence, the only repeated codewords are
¢ and ¢y,,. As a result, |C| = 2n,, and log|C| = 1 + logn, is
achievable. |

APPENDIX B
Proor oF THEOREM 1

We provide an outline of the proof. Note that the input
alphabet has at most 2n, + 1 mass points since based on the
proof of Proposition 1, the channel output can take at most
2n, values. Let the quantized channel output be denoted by Y.
Since the conditional measure P;‘X('lx),x € R is continuous
in x, and lim,_,c P;IX(fﬂIx) = 1@ € A),A € B for some
fixed J, the conditions in the proof of [0, Prop. 1] hold, and
the optimal input distribution has bounded support. From the
extension of Witsenhausen’s result [65] given in [04, Prop.
2], the optimal input distribution is discrete and takes at most
2n4 + 1 values. This completes the proof of converse. To prove
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Fig. 17. The impact of amplifier gain on the half-cycle rectification amplitude
distortion illustrated for (a) gain of 10 dB, and (b) 25 dB.

achievability, it suffices to show that one can choose the set
of functions f,, ;(), j € [n,] and quantization thresholds 7;, j €
[n4] such that the resulting quantizer operates as described in
the theorem statement, i.e., it generates Y= QO(hX + N) where
00) = kif y € [ fs1lk € {1,--,2n,] and Q) = 0 if
y > top, or y < t;. To this end, let t* be the optimal quantizer
thresholds in (2). Let ry,rp,--- s Pan, be the elements of t*
written in non-decreasing order. Define a quantizer with asso-
ciated analog functions f, ;(y) = [y — WT"“I and t; = r‘”—z’_r’
Note that ; > O since rj, j € [n4] are non-decreasing. Then,
similar to the proof of Proposition 1, the quantization rule
gives distinct outputs for y € [r, 1],k € {1,---,2n,] and
Y € [ran,, %) U [—c0, 7] as desired. m]

Fig. 18. The input waveform eye diagram for (a) PAM4 and (b) PAMS
modulations compared with the corresponding envelope detector output eye
diagrams in (c) and (d).
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Fig. 19. The linear growth of power consumption with the data rate in the
nonlinear analog operator circuits, i.e., the polynomial generators and envelope
detectors.

AprpPENDIX C
PrOOF OF PROPOSITION 5

For j € [n,;] and non-decreasing vector (r,r;,, - ,rizﬁ)
where i; € 7;,j€[ng], A€ [2%], define
s—1
Fiy +Fi, ri6+ril_
al,jé 2 as,jé > i’ _Zas/’j’l<SS6’
2 2
s’'=1
5-1

A
tj—rizd —Zas/,j,l <s<o

s'=1



where 1, £ 2° — 351,297 4+ 1,5 > 1. Consider a quantizer
QO() with ADC thresholds #(1 : n,) and associated analog
functions f;(y) = As(x,a),j € [ng]. Then, ri,ra, -+ ,r, are

the non-decreasing sequence of roots of fj(-), j € [ny], and the
associated code of the quantizer Q(-) is C as desired. ]
AppPENDIX D

PRrOOF OF PROPOSITION 6

We provide an outline of the proof. Let us consider the
following cases:
Case 1: Z;Zl Kj > 2"
In this case, one can use a balanced Gray code [5(] to
construct C. A balanced Gray code is a (binary) code where
consecutive codewords have Hamming distance equal to one,
and each of the bit positions changes value either 2L2"“

times or 2[ ] times. If minjep, )k > 2{2,11 the proof is
complete as one can concatenate the balanced gray code with a
series of additional repeated codewords to satisfy the transition
counts, and since the balanced gray code is a subcode of the
resulting code, we have |C| = 2", Otherwise, there exists
J € [ng] such that «; < 2[5~ ] In this case, without loss of
generality, let us assume that K] < k2, < Ky, Note that since
k; — K’| <2,j,j €[ng] and k;j, j € [ny] are even, there is at
most one j* € [ny] such that x < «j-41. Let Kl,Kz,"' ,K;,
be the transition count sequence of a balanced gray code C’
written in non-decreasing order. Note that 2|' '| ZLMJ =
Hence, similar to the above argument, there can only be one
J € [ng4] for which K, Kj+1. Since ), "] Kj > 2" = Z '7 K,
we must have j* < j'. So, the balanced gray code can be
used as a subcode 51m11ar to the previous case by correctly
ordering the bit positions to match the order of «;, j € [n,].
This completes the proof.

Case 2: Z;Zl Kj<2M

The proof is based on techniques used in the construciton of
balanced Gray codes [50]. We prove the result by induction
on ny. The proof for n, = 1,2 is straightforward and follows
by construction of length-one and length-two sequences. For
ng > 2, Assume that the result holds for all nj, < n,. Without
loss of generality, assume that k; < kp, < -+- < K, - The proof
considers four sub-cases as follows.

Case 2.i: Y7, «; €[0,2"77]

In this case, by the induction assumption, there exists C’,
a code with codewords of length n, — 2, whose transition
sequence is k3, K4, , Ky, and IC’I = Z " 4 kj. We construct
C from C’ as follows. Let ¢ = (0,0, cO) ¢ = (0,1,c,
¢ = (1,1,¢p), ¢3 = (1,0,¢p), ¢4 = (1,0,¢), ¢s = (0,0,¢)),
¢ = (0,1,¢}), ¢; = (1,1,¢}), --. This resembles the proce-
dure for constructing balanced gray codes [50]. We continue
concatenating the first two bits of each codeword in C to the
codewords in C’ using the procedure described above until «;
transitions for position 1 and «, transitions for position 2 have
taken place. Note that this is always possible since i) for each
two codewords in C’, we ‘spend’ two transitions of each of the
first and second positions in C to produce four new codewords,
i) ko —k; < 2, and iii) Kk < 2713 k;j, where the latter condition
ensures that we do not run out of codewords in C’ before
the necessary transitions in positions 1 and 2 are completed.

After «; + 1 codewords, the transitions in positions 1 and 2
are completed, and the last produced codeword is (0,0,¢; )
since k1 and k; are both even. To complete the code C, we add
0,0,¢)),i € [kp +2, Z"" k;]. Then, by construction, we have
ICl=IC| + k1 +ky = Z 1K and the code satisfied Properties
1), 2), 3), and 5) in Proposmon 4.
Case 2.11.2],13 K; € [2M72, 271
Similar to the previous case, let C’ be a balanced gray
code with codeword length n, — 2 and transition counts
K| Sky <+ <k, . Define k7 = «; - ,+2’J€{34 <, ngl.
Note that /< satls%y the condltlons on transition counts in the
propos1t10n statement, and hence by the induction assumption,
there exists a code C”” with transition counts K},, jeln,-21
The proof is completed by appropriately concatenating C’ and
C” to construct C. Let y” be the number of codewords in
C” and define ¢; = (0,0,c),i € [y"], ¢yry1 = (Olc )
¢z = (L 1,€7), ¢z = (1,0,¢0), ¢prig = (1,0,¢)),
Similar to the previous case, it is straightforward to show
that this procedure yields a code C with the desired transition
sequence.

The proof for the two subcases where }, "g kj €271, 3 %
2"6=2] and 2?13 Kj € [3x2M~1 %217 ig snnllar and is omitted
for brevity.
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