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Abstract

The maximum correntropy criterion (MCC) has been employed to design outlier-robust adaptive filtering algorithms,
among which the recursive MCC (RMCC) algorithm is a typical one. Motivated by the success of our recently proposed
proportionate recursive least squares (PRLS) algorithm for sparse system identification, we propose to introduce the pro-
portionate updating (PU) mechanism into the RMCC, leading to two sparsity-aware RMCC algorithms: the proportionate
recursive MCC (PRMCC) algorithm and the combinational PRMCC (CPRMCC) algorithm. The CPRMCC is implemented
as an adaptive convex combination of two PRMCC filters. For PRMCC, its stability condition and mean-square perfor-
mance were analyzed. Based on the analysis, optimal parameter selection in nonstationary environments was obtained.
Performance study of CPRMCC was also provided and showed that the CPRMCC performs at least as well as the better
component PRMCC filter in steady state. Numerical simulations of sparse system identification corroborate the advantage
of proposed algorithms as well as the validity of theoretical analysis.
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1. Introduction

The minimum mean square error (MMSE) and least squares (LS) criteria, have been widely adopted in the design of
adaptive filtering algorithms, leading to e.g. the least mean squares (LMS) and recursive least squares (RLS) filters. These
classic algorithms have attained great success in many applications such as channel equalization [[1]], noise cancellation [2],
system modeling [3], just to name a few. However, the MMSE/LS criteria are known to be sensitive to outliers [4]. Outliers
are common in various contexts, such as sensor calibration [S] (due to sensor failure), face recognition [6]] (owing to self-
shadowing, specularity, or brightness saturation), and others. In contrast, the emerging maximum correntropy criterion

(MCC) is more robust to outliers.
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Many MCC adaptive filtering algorithms have been developed [7, 18,9, [10L [11} [12} [13]]. They can be classified into two
categories: stochastic gradient type algorithms [[7} 18, 9] and recursive MCC (RMCC) type algorithms [10} [11} 12} [13]. The
design of RMCC is somewhat similar to that of the RLS. In [7]], an MCC algorithm was proposed for the environment with
impulsive noise and its theoretical excess mean square error (MSE) was derived using the energy conservation principle [8].
In [9], a generalized Gaussian density (GGD) cost function was employed to replace the Gaussian kernel used in original
MCC algorithm, leading to a generalized maximum correntropy criterion (GMCC) algorithm. Compared with stochastic
gradient type algorithms, the RMCC type algorithms can achieve superlinear convergence [10, (11} 12].

Motivated by the success of sparsity-aware MMSE/LS adaptive filtering algorithms [[14} [15} [16} 17, [18]], the design of
sparse MCC adaptive filtering algorithms have recently attracted great attentions [[19} 20} 21} 22} 23]]. In [19], a correntropy
induced metric (CIM) MCC (CIMMCC) algorithm has been designed by exploiting the CIM to approximate the /o norm
in the cost function. In [20} 21]], the /; norm and a general regularization function have been respectively introduced to the
RMCC algorithm, leading to faster convergence under sparse systems. In [22] 23], the proportionate MCC (PMCC) and
hybrid-norm constrained PMCC algorithms were proposed for wide-sense sparse systems [24] and block sparse systems
[25]], respectively.

In our recent work [26]], the proportionate updating (PU) mechanism was introduced to the standard RLS, leading to the
proportionate recursive least squares (PRLS) algorithm with improved performance under sparse systems. This naturally
motivates us to incorporate a similar proportionate matrix to the existing RMCC to establish a proportionate recursive
maximum correntropy criterion (PRMCC) algorithm. According to the analysis in [27], the parameter € controlling the
trace of the proportionate matrix in the PRLS trades off between the initial convergence and steady-state performance.
Specifically, when 8 < N (N is the filter length), the steady state of the PRLS is at least as good as the standard RLS.
However, its convergence rate may be slower. To achieve fast convergence and low steady-state error simultaneously, two
methods have been proposed for LMS-type algorithms: variable step approaches [28l 29} |30] and convex combination
[311132,[33L [34]]. As 6 has similar function as the step size in the LMS, we explore the feasibility of further improving the
PRMCC. In particular, we propose an adaptive convex combination of two PRMCC filters, leading to the combinational
PRMCC (CPRMCC) algorithm. Theoretical performance analysis of the PRMCC and CPRMCC are then provided. For
the PRMCQC, its stability condition is first derived based on the Taylor expansion approach. Then, we investigate its steady-
state performance and tracking ability, based on which theoretically optimal parameter values can be determined. For the
CPRMCC, we prove its performance is at least not worse than the better one of its two components. Simulation results on
sparse channel estimation are presented to demonstrate the effectiveness of proposed algorithms.

The rest of this paper is organized as follows. In Section[2] we develop the PRMCC and CPRMCC algorithms. Section[3]
provides the stability condition and analyzes the mean-square performance for the PRMCC in stationary and nonstationary
environments. In addition, the superiority of CPRMCC is verified. In Section 4 simulation results are presented and
Section[5] concludes the paper.

Notation: We use bold capital letters, boldface lowercase letters, and italic letters, e.g. A, a, and a to, respectively,

represent matrix, vector, and scalar quantities. The superscript, (-)', denotes the transpose, and E[-] represents the statistical



expectation. For a vector a of size N X 1, its [,,-norm is defined as ||a||,, = (Zf::l |y |™) . The tr(A) returns the trace

of a matrix A.

2. Sparsity-aware RMCC Adaptive Filtering Algorithms

Consider a standard system identification setting in the real domain with the following input-output relationship

d(n) = whxy(n) + v(n), (D)
where wy = [wy,ws, - ,wx]7 is the N x 1 system impulse response vector to be estimated, and x (n) = [z(n), z(n —
1),--- ,z(n — N + 1)]T denotes the input vector at time instant n. The d(n) and v(n) represent the system output and the

additive noise.

Given two random variables X and Y, the correntropy is defined as [35]
V(XaY) :E[H(X7Y)] = /K(J?,y)dFXY(Z‘,y), 2

where £(-,-) is a shift-invariant Mercer kernel, and Fxy (z,y) denotes the joint distribution function of (X,Y"). Unless

otherwise specified, the following Gaussian kernel is used in this work:
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where e = z — y and o > 0 is the kernel bandwidth. The correntropy measures how similar two random variables are
within a neighborhood controlled by the kernel width o. Specifically, the smaller the value of o, the better it can eliminate
the impact caused by outliers. While ¢ — oco, such a metric will reduce to one global measure, i.e., mean square error
(MSE).

The RMCC employs the following cost function

JrMcc(n) = sz:l A" lexp(— 622((?2”) ), )
where 0 < A\ < 1 is a forgetting factor and
e(iln) = d(i) — wi (n)xny(i). (5)
The weight vector wx (n) = [wi(n),wz(n),--- ,wx(n)]? denotes an estimate of w at time n. According to [21]], the
weight update of RMCC is governed by
wy(n) = wy(n—1) + k(n)f(e(nln—1)), (©)



where

e?(njn—1)

fle(n|n—1)) = exp(——= 5—)e(nln~-1), ()

T

with the a priori error being e(n|n — 1) = d(n) — wy (n — 1)xx(n), and the (Kalman) gain vector k(n) is

P(n—1)xn(n)

k(n) = . . ®)
A+ exp(—%)x%(n)P(n—l)xN(n)
The matrix P(n — 1) can be iteratively computed using
2(n— _
Pn—1)= A" [P(n _9)— exp(—%)k(n —1)xL(n—1P(n—-2)], ©)
o
so that (8) can be rewritten as
2 _
k(n)=A"1|P(n-1 fexpfwknxTnPnfl xy(n) =Pn)xy(n). (10)
202 N
o

2.1. The PRMCC Algorithm

Motivated by the PRLS from [26], an N x N proportionate matrix G(rn— 1) is introduced into the update of (6)), leading
to the PRMCC algorithm within the following update rule:

wy(n)=wy(n=1) + G(n-1k(n)f(e(n|n—1)), (11)

where G(n — 1) = diag{¢g1(n — 1), g2(n — 1),...,gn(n — 1)} with the k-th diagonal element given by

(1-a)
2N

|wi(n — 1)
2wy (n—1)[[1 +e€

g(n—1)=10 + (14 a) (12)

Here, ¢ is a small positive constant, « € [—1,1), and # > 0 is the trace controller. The parameter § trades off the
convergence and steady-state behaviors of the PRMCC. It is noted as ¢ — oo in (7)), the PRMCC algorithm reduces to the
PRLS algorithm.

The implementation of PRMCC algorithm is summarized in Algorithm 1.

2.2. The CPRMCC Algorithm

As mentioned before, the convergence and steady-state behaviors of the PRMCC is traded off by the parameter  in the
proportionate matrix. To simultaneously achieve fast convergence and good steady-state performance, we further propose

the CPRMCC algorithm, which is indeed an adaptive convex combination of two PRMCC filters with two different trace



Algorithm 1 The PRMCC Algorithm

Initialization: P(0) = 6 Iy, wy(0) = Onx1, A, 6, €, 6, o and o are constants;
Iteration: Forn=1,2,---
k(n) = & 1)XN( )
Atexp(— )x% (n)P(n—1)xn (n)

gr(n — )="gN‘”+9(1+a)%,k:1,2,..w
G(n — 1) = diag{gi(n — 1), ga(n — 1), o gn(n — 1)}
fle(nn—1)) = exp(— =Gl )e(n|n—1)

w(n) = wN<n — 1)+ G(n— Dk(n)f(e(nln 1))

P(n) = A [P(n—1) — exp(— <4 k(n)x (n)P (n—1)]

controllers. The output of the CPRMCC is given as

y(n) = p(n)wi (n)xn(n) + (1 = p(n))w3 (n)xn(n)

= wi (n)xn(n),

13)

where w1 (n) and wy(n) are updated as with trace controllers being set to 61 and 2. The overall weight estimate is

then

w(n) = p(n)wi(n) + (1—p(n))wa(n). (14)

The mixing parameter p(n) is defined as a sigmoidal function

1
pln) = sgmlb(n — 1) = o= (15)
where b(n — 1) is iteratively updated via [[34]]
e?(n—1n—1) b
b(n—1) = |b(n—2) + mexp(~————5——)e(n—1n=1)(y1(n~1)—ga(n-1))p(n-1)(1 — p(n=1)) |, (16)
b —bt
in which
yi(n) = wi (n)xn(n) and yo(n) = w (n)xn(n), (17)

and y;, and oy, are, respectively, the step size and kernel bandwidth. The values of b(n — 1) has been limited to the interval
[—bT, b (31132, 33]] to avoid possible pre-mature termination of the update when p(n — 1) is close to zero or one.
The detailed implementation of CPRMCC algorithm is summarized in Algorithm 2.

The CPRMCC can be further improved by speeding up the convergence of the slower component PRMCC filter via the



Algorithm 2 The CPRMCC Algorithm
Initialization: P;(0) = 6 Iy, w;(0) = Onx1,7 = 1,2,b(0) =0, \, 6, €, o, 01, 02, o, bT, 0 and 1, are constants;

Iteration: Forn =1,2,---
yi(n) = wl(n—1)xn(n),i=1,2
p(n) = sgm(b(n — 1))
y(n) = p(n)yr(n) + (1 = p(n))yz(n)
e(nln —1) =d(n) —y(n)
b(n) = [b(n — 1) + myexp(— 5Lz e(nln—1)(y1(n) = y2(n))p(n) (1 = p(n))]",

w;(n),i = 1,2 are updated via the PRMCC algorithm
wy(n) = p(n)wi(n) + (1—p(n))wa(n)

faster filter. Assuming w1 (n) converges faster than wo(n) thus 6; > 6s, then wa(n) can be accelerated as follows [34]
wa(n) = B(wa(n — 1) + Ga(n — Dka(n) f(e2(n|n — 1)) + (1 — B)wi(n), (18)

where 0 < § < 1.

To make it easier for the reader to apply algorithms, the complexity analysis in terms of multiplication per updating

(iteration) and hyperparameters are given in Table.[T| where we omit the complexity of the exponential function.

Table 1: The complexity comparison and hyperparameters among different algorithms

Algorithms Complexity in Hyperparameters
multiplication
RLS O(3N? 4+ 4N) A6
PRLS O(BN% +17N) 6,60, a
PRMCC O(3N? +8N) A6, e0,a,0
CPRMCC O(6N? + 18N) M\ 8,6 01, 00, a, 0, b, g, 03, B

3. Performance Analysis

In this section, performance analysis is made for PRMCC and CPRMCC. First, we analyze the stability condition,

steady-state and tracking performance of PRMCC. After that, we investigate the performance of the CPRMCC. Key as-

sumptions used in the analysis are

Assumption 1. The noise, v(n), is zero-mean, independent and identically distributed (i.i.d.) and is independent of

xn (m) for all m [36) 371 38].

Assumption 2. The filter weight vector, w (n — 1), and the regressor, x(n), are uncorrelated under slow adaption

conditions [39, 140, 41]].

Assumption 3. The x(n) is a white Gaussian sequence with variance o2 [42} 43| [44].



3.1. Performance Analysis for PRMCC

3.1.1. Stability Condition
We first derive the stability condition for PRMCC. Based on (I0), the weight update of PRMCC in (TT)) can be rewritten

as
wy(n)=wy(n—1)+G(n—1)P(n)xy(n)f(e(n|n-1)). (19)

Subtracting (T9) by w on both sides and defining the weight error vector as
hy(n) =wy —wy(n), (20)

we have
hy(n)=hy(n—1)—G(n—1)P(n)xx(n)f(e(n|n-1)). 21

By the detailed proof in Appendix[A] it can be derived that

n

5E[v*(n)]
(1-00 W+sw)e E[hy (0)]. @2)

- 2 4 B

801

E[hN(TL)] =~ IN—

where G is defined in

122 v+5E[v
Asly — A P
7, Bl

as n — oo is that all dlagonal elements should have magnitude less than one. Equivalently, we require

)]
)G is diagonal, the condition for the right-hand side (RHS) of (22)) to converge to zero

2
2(1 — % + E[v4(n)])

84

o2 E[v4(n —a a)||lwn|]oo
(1-M\)(1 302+ E[v4( )})(IZTJF(H Mww]l )

851 2[lwn |

0<d<

(23)

which is the stability condition of the PRMCC algorithm. When ¢ — oo in particular, the condition reduces to that of the
PRLS [41]

2
(1_)\)(1*704_1_ A+ |[willoo )

2[lwnl[1

0<f<

(24)

We continue to take the /s norm on both sides of (22) and obtain

4
(1-)(1— 323 4 FEl (]

1_ P + E[Zi(f)]

302 n &) [Wmin
G_W1W1%H@”xm+%ﬁwﬁ

d
2T Ei(n [[E[ (0)]]]2; (25)
L— 7+ S

||y (n)]]]2 ~ [Ty = G]"E[hy (0)]l]2




where |wpin | denotes the smallest absolute value in w . Based on @ the maximum number of iterations for the PRMCC

to reach a steady-state error c is

Inc — In[[E[h v (0)][|2

74 o« X
(1 - 2000 ”+M><B + )
oy Eei)

where ¢ < ||E[hy(0)]]|2. As expected, the larger is the trace controller parameter 6 of G is, the less number of iterations

is needed for PRMCC to reach the steady state.

3.1.2. Steady-state Performance Analysis
In this part, we derive the steady-state mean-square deviation (MSD) for the PRMCC. Computing the autocorrelations
on both sides of (21)), one obtains

K(n) = K(n—1) - Ehy(n—1)xy(n)P(n)G(n—1)f(e(nln—1))] = E[G(n—1)P(n)xn(n)hy (n—1)f(e(nln—1))]

+E[G(n—1)P(n)xn (n)xy (n)P(n)G(n—1)f*(e(nln—1))], 27

where K(n) = E[hy (n)h% (n)]. Based on the derivations in Appendix we have

6
(1— )\)gl(o. [v (ﬂ)]+5[“ (")])
4
o2(1— o7 +E[v (n)])
KZ(OO) ~ 15E[ 4(n)] (28)
2_30% 5E[v4(n)] (1 )\)91(1_ U+ )
o2 404 . U+ 1;4(71)]

where K, (c0) is the (i, 4)-th element of K(00). The steady-state MSD of the PRMCC is then obtained as

Blvt(n E[v5 (n
(1=X)gs (op — Bl 4 Bl

N > 63 E[od (0]
oz 1— +ﬁ—
MSDprmcc = ZKz‘(OO) ~ Z ( : 15E[v ()] 29)
et o1 9302 | SE[im)] _ (- A)gq(l——wi)
o2 404 o2 +P[v4(n)]
It is noted that when G(n) = Iy, the PRMCC reduces to the RMCC and we have
N(1-2)(0" 2 _ Elv (n)]+E[U6(n)])
02(1_71;_’_ 4(71)])
MSDgrmcc ~ — (30)
o 303 BB m)] (=M= Sof 4 LS
407 1 ;52+E[u4<n>1



Moreover, if 0 — oo, the MSD of PRLS and RLS can also be conveniently derived from @]) as

N
- (1- /\)giff%
MSDpRis ~ ) 53—~ 37,752 (31)
i=1 "% e
N(1—\)o2
MSDgys ~ (1= Aoy (32)

202 — (1 —X)o2’

3.1.3. Tracking Performance Analysis
In this part, we proceed to evaluate the tracking ability of PRMCC in nonstationary environments. Without loss of

generality, it is assumed that the unknown time-varying system vector w(n) follows a random-walk model [42]]
w(n) =w(n—1) 4+ q(n), (33)

where q(n) is an i.i.d. white Gaussian process noise with zero mean and covariance matrix Eq(n)q” (n)] = 021y, and
w(0) = wy.
We redefine the weight error vector in (20) as hy(n) = w(n) — wy(n). Subtracting both sides of by w(n) leads

to
hy(n) = hy(n— 1) — G(n — DP(n)xx (n)f(e(nln — 1)) + q(n). (34)
Computing the autocorrelations on both sides of (34), one obtains

K(n) = K(n—1) - Ehy(n—1)x} (n)P(n)G(n—1)f(e(nln—1))] - E[G(n—1)P(n)xn(n)h} (n—1) f(e(nln—1))]

+E[G(n—1)P(n)xy(n)xy(n)P(n)G(n—1)f?(e(n|n—1))] + O'SIN. (35)

Plugging (73), and (8T)) into (33)), we obtain the steady-state MSD in nonstationary environments for the PRMCC as

p 2 114 n ) 7)6 n 0'2 ) 714 n
(1=N)gi (o3 —ERofml L E2GUl) - g 21— 2 4 v (ol
— N 2(1_ 78 4 Bl (1—Ng:

MSD ~ To " 3e77 5ol 36
PRMCC ~ 602 | 15E[v4(n)] ’ (36)

i=1 9_ 302 | 5E[vi(n)] (A-Ngi(l——5+=—="7")

T 52 Ao4 - o2 0l (1
g g 1— 20_1)2 + h[‘gﬂ(i’)]



As 273 er [ ( N (1- A)gl(lfierM

, (36) can be further simplified into

2 4
% E[vE(n)]
-+ %
6
(1=2)0(c> 2 E[v? (ﬂ)]+E[U (")]) ( _ 'u +E[U (") 21 Lt

o2 (1-5 ,U+l‘['u4(n)]) (1—- )\)0

Mg/DPRMCC ~ (37

9_ 302 5E[v4(n)] ’
o2 404

14+a)|w;|

A (
where t; = 2N ;o 2wl -

A close observation reveals that the MSDpgricc in (37) is a function of 6 and A. By taking the partial derivatives and
setting the results to zeros, i.e., ‘r)MSDa%MCC = 0 and ")MSDG%CC = 0, we can obtain the theoretically optimal parameters

as

0'2 v4 n
0,04(1 — 52 + 7}5[80(4 )])

oopt = (38)
(1= N)y/o — gl B
o2 E[v*(n
L mele g B -
op 0:/02 — E[U;gn)] + E[g‘;(f)]
3.2. Performance Analysis for the CPRMCC
3.2.1. Mean-square Performance Analysis
According to (T4) and (20), we have

hy(n) = p(n)hi(n) + (1 = p(n))he(n), (40)

where hy(n) = wy — wi(n) and ha(n) = wy — wa(n) are weight errors of the two PRMCC filters in CPRMCC.

Computing the autocorrelations on both sides of {0}, one obtains

K(n) = E[p*(n)hi(n)h] (n)+E[(1 — p(n))*ha(n)h3 (n)] + Elp(n)(1 — p(n))(hi(n)hg (n) + ha(n)h] (n))]
~ E[p?(n)[Hu(n) + E[(1 = p(n))*/Haz(n) + E[p(n)(1 — p(n))](H1z(n) + Hai(n)), (41

where H,;(n) = E[hl(n)hJT(n)] i,7 = 1,2. The approximation in the second line is valid because p(n) is independent of
both component filters when p(n)(1 — p(n)) is close to zero in the steady state [32]].

Taking the trace of and letting n— 00, the steady-state MSD of the proposed CPRMCC algorithm is

MSDcprMcc & hm E[ %(n )]MSD1—|— hm E[(l — p(n))?)]MSDy + 2 lim E[p(n)(1 — p(n))]MSD;2, (42)

n— oo

10



where

MSDJ = tI‘(Hjj(OO)), ] = ]-7 23

MSD12 = tI‘(ng(OO)) = tI‘(Hgl(OO)).

According to (29), we have

1)4 n ’116 n
(1=X)0ti (o — Elgrl] (,5 U Bl

20
N o4
o2 (1_ o2 +E (")] )
MSDJ ~ E - 4
i=19_ 302 +5E[v4(n)] (1 )\)9 t; (1_ v+ [ (n)])
o2 404 - o2 +l<[174(n)]
Based on the derivation in Appendix [C]
(1=X\)01ati (02— 4(n>1+u[vﬁ<n>])

N

MSD12 ~ E 4
, o vi(n 1-M)01at: (1— 2% #“”1
i=1 (1_3G§+5E[8;£ 1y — (=) 12t( )

2 'U4 n
0.1(1_71;_;'_5[ ()])

-2 +F[v4<n>1

with

0102

1o = ———.
12 0 + 6

(43)

(44)

(45)

(46)

(47)

Last, by resorting to (36), the steady-state MSD;, j = 1,2 and MSD; in the nonstationary environments can also be

derived

4 2,6
(1—A)9jt7,(<72 E[v (n)]+E[U (4")]) 2(1 2+ U(n)])

g N w2 (1 2+ [v4<n>]) EESys
MSD; ~ ) - ——
=1 9_ 302 4 5E[vi(n)] (1-X)0;t; (177+#)
o? 40t 12 N v (o)
114 n 1)6 n p 0'2 7)4 n
(I=X)012t; (0’377‘3[ Ué )] +7E[40(4 )]) 05(172”—7’2+7E[86(4 )])
N o2 oA — ]
o2 (1— Z + EriGul 1—Nt;

I\E\S_f)lgz
Z 5E[v4(n)]) (1=X)012t; (1— “ *45#”)

. 30.2
=1 _ 20y
(1 202+ 84 o2 +I:[v4(n)]

11

(48)

(49)



3.2.2. Steady-State Behavior of the Mixing Parameter
As shown in above, the mixing parameter p(n) of CPRMCC is a function of b(n), which is iteratively calculated as in
(T6). Taking expectations on both sides of (I€)), we arrive at

bt

EO=D) ) = 1) (g1 () o (m))p(m)(1 = pm))]] (50)

Elb(n)] ~ | Elb(n—1)] + moElexp(— =25,
b —bt+

where the right-hand side is an approximation as the order of expectation and truncation operations have been switched in
the evaluation.

Based on (@0), (70), Assumptions 1 and 3, we have

E[b(n
vl 3v2(n)  5vi(n)
507 | 8ol

Q

)(p(n)h{ (n—1)xy(n) + (1=p(n))h3 (n—1)xy (n))(x} (n)ha(n — 1)

v3(n)  v°(n)
202 8ot

[E[b(n—1)] + mwE[(1—

+

) (xR (n)ha(n—1) = x} (n)hy (n—1))p(n) (1= p(n))]] %+

—xy(n)hi(n—1))p(n)(1 = p(n))+(v(n)~
302  5E[vi(n)]

~ [Bb(n—1)) + (1= 525 + B[ () (1 p(n)) (Ba(n— Db (n—1)
—hy(n—1)h] (n—1)) + p(n)(1 - p(n))* (hy (n—1)h (n—1) — by (n—1)h (n—1)]|"". . (51)

Using the assumption of (1)), (31) further becomes

()]~ [Eb(n—1)] + (1 25 ()

pt

)(Elp(n) (1-p(n))*] AMSD2—E|[p? (n) (1-p(1))JAMSD1)]” ., (52)

AMSD; = MSD; — MSD,i = 1,2. (53)

From (32), it is obvious that E[b(n)] depends on the values of AMSD;,i = 1,2. According to the Cauchy-Schwartz
inequality, MSD;2 cannot be larger than MSD; and MSDs, [32]. Therefore, we only need to discuss the following three

cases:

e Case 1: MSD; < MSD;5 < MSDs. In this case, AMSD; < 0 and AMSD, > 0. In addition, since p(n) €
[1 — pt, pT], both E[p(n)(1—p(n))?] and E[p?(n)(1—p(n))] are lower bounded by p*(1—pT)2. As a result, when

n—oo
()] > [Eb(n — 1)] + (1 - o2 + 0 e p2ansp, - AMSDY. (s)

Therefore, it follows that the only valid stationary point for (32) is b(co) = b* and the MSD in {@2)) then becomes
MSDcpryMcc ~ MSD;.

12



e Case 2: MSDy < MSD;5 < MSD;. In this case, AMSD; > 0 and AMSD, < 0, and a similar analysis to the first

case can be made. As n—00, it is easy to have

E[b(n)] < [E[b(n — 1)] — mpo2(1 — 2?2) i %

)(pt)?(1 = p*)(AMSD; — AMSD,)]",,. (55)

Further, b(c0) = —b™ and the MSD in (#2) is evaluated as MSDcpryvcce ~ MSDs.

* Case 3: MSDy3 < MSD;, ¢ = 1, 2. In this case, AMSD; > 0, i = 1, 2. A stationary point of (52)) can be represented

as
E[p(n)(1 — p(n))*]AMSD, = E[p?(n)(1 — p(n))]AMSD;, n — oco. (56)

With the assumption that the variance of p(n) is small when n—o0 as in [32]], (36) can be rewritten as
(1 — p(00))AMSD, = p(c0)AMSDy, (57)

where p(o0) = lim E[p(n)]. From (57)), p(c0) is solved as

n—oo

AMSDQ pt
= . 58
P(2) = [ 318D, + AMSD, " ©8)
Now, ([@2) can be rewritten as
MSDcprMcc & p2 (OO)MSD1+(1 — p(OO))ZMSDQ + 2p(00)(1 - p(OO))MSDlg. 59)
Plugging (58) without the truncation into (39), leads to
AMSD; AMSD,
MSD ~ MSD . 60
CPRMCC 12+ AMSD, + AMSD, (60)
Sowhen 1 — p™ < p(o0) < pT < 1, based on (33) and (58) we have the following approximations:
MSDcprMcc & MSDq5 + ,D(OO)AMSDl < MSDy, 61)
MSDcprMcc = MSDq5 + (1 - p(OO))AMSDQ < MSDs, (62)
from which we obtain when —b" < b(c0) < b the following
MSDecprMcc < min{MSDl, MSDQ} (63)

13



In summary, we have

~ MSD1, b(oo) = bt
MSDcprMmoc § < min{MSD;, MSDy}, —bT < b(o0) < bF (64)
~ MSDs, b(oo) = —bt

which indicates the steady-state performance of CPRMCC algorithm is at least as good as that of the better component

PRMCC filter.

4. Simulation Results

To verify the performance of PRMCC and CPRMCC algorithms, numerical experiments of system identification were
conducted.

In the first experiment, we aim to show the superiority of the PRMCC by comparing with existing adaptive filtering
algorithms including RLS, RMCC and PRLS. A sparse system of order 128 was considered. Its tap values are 0.4975 at
indices 1, 64, 65, 128, and 0.0498 at indices 2, 63, 66, 127. At other indices, the values are zeros. The input signal, z(n)
was a zero-mean white Gaussian process with variance 02 = 1. The observation noise v(n) followed a mixed-Gaussian
distribution [4], that is v(n) ~ 0.9N/(0,10~%) + 0.1N(0,100). The common parameters for RLS, RMCC, PRLS and
PRMCC were A = 0.995 and § = 100. Specific parameters required to implement PRLS and PRMCC were set as § = 64,
a = 0and e = 10~*. For RMCC and PRMCC, the kernel bandwidth was set as ¢ = 1.7. All the simulation results
were obtained by averaging over 5000 independent trials. In Fig.[T] MSDs of different algorithms are compared. From the
figure, the PRMCC significantly outperforms the RMCC in terms of convergence and steady-state error, attributed to the
introduction of the proportionate matrix as shown in (T1). The RMCC-type algorithms have better performance than their
RLS-type correspondences under heavily-tailed noises.

In the second experiment, the advantage of CPRMCC over PRMCC was tested. The considered order-128 sparse
system has 8, 16, and 32 non-zero taps at n = 0, n = 20000 and n = 40000, respectively. The non—zero coefficients were
generated as Gaussian variables with zero mean and unit variance with their positions randomly selected. The observation
noise has a distribution of v(n) ~ 0.99N(0,10~*) 4+ 0.01N/(0, 100).

The CPRMCC had the following parameter setting: A = 0.99, 0 = o, = 2, up = 50, b+ = 4, 3 = 0.999 and
~v = 2. The trace controllers for its two component PRMCC filters were #; = 64 and 05 = 8, respectively. Other
parameters of the PRMCC filters were set the same as those in the first experiment. The weight vector of the second
component filter wo(n) was updated according to (I8). In Fig.[2} MSD comparison between the CPRMCC and component
PRMCC:s is shown. As expected, the PRMCC achieves a better steady-state MSD at the cost of slower convergence, and
vice versa. The CPRMCC taking advantages from both component PRMCC filters, however, achieves fast convergence
and low steady-state performance at the same time. It behaves at least as good as the better component PRMCC filter.

In the final experiment, we verify the accuracy of the derived theoretical steady-state MSD performance given in (29) for

14
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Figure 1: The MSD performance comparison between PRMCC and existing algorithms.
o] :
=©—PRMCC (0=64)
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Figure 2: The MSD performance comparison between the CPRMCC and its component PRMCCs.

PRMCC. Both stationary and nonstationary systems were considered and for each system, two types of observation noises

were investigated: a mixed-Gaussian noise v(n) ~ 0.99AN(0,10~%) + 0.0LA(0,400) and a uniform noise distributed

15



over [—0.5,0.5]. The kernel bandwidth was set as 0 = 1. First, the results for the identification of a stationary system
w(0) = [0.7071,0,0,0,0,0,0,0.7071] are presented. The empirical and analytical steady-state MSDs for different values
of # and X are compared in Fig.[3] In all combinations of # and ), close match between simulated and derived MSDs is

observed. Moreover, the steady-state MSD performance improves with a smaller 6 and a larger A, as expected.

m
T -30 PRMCC(Simulation (\=0.99))
() =#— PRMCC(Theory (\=0.99))
0 == PRMCC(Simulation (\=0.994))
= -40 =6— PRMCC(Theory (\=0.994))
PRMCC(Simulation (\=0.998))
~O— PRMCC(Theory (1=0.998))

8 10 12 14 16 18 20 22 24

(b)

Figure 3: Steady-state MSDs of the proposed PRMCC algorithm: (a) mixed-Gaussian noise, (b) uniform noise.

Table 2: Optimal parameter values for a nonstationary system identification.

v(n) mixed-Gaussian noise uniform noise
Aopt (Simulation) 0.994 0.996
Aopt (Theory) 0.993 0.9952
Oopt (Simulation) 19 14
opt(Theory) 21.238 15.392

The nonstationary system followed the random walk model in (33), for which 03 was chosen as 1075, The MSD
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S —#— PRMCC (Simulation)
o —&— PRMCC (Theory)
n
S -25

0.986  0.988 0.99 0.992 0.994 0996 0.998

4 6 8 10 12 14 16 18 20 22 24 26 28 30 32
0

(d)

Figure 4: Tracking abilities of PRMCC evaluated against different A and 0: (a) mixed-Gaussian noise (§ = 16), (b) mixed-Gaussian noise (A = 0.995),

(c) uniform noise (6 = 16), (d) uniform noise (A = 0.995).

5. Conclusion

comparison was shown in Fig. 4] where slight mismatches between empirical and analytical curves are observed due to the
introduction of noise q(n). From the figure, optimal combinations of § and )\ leading to minimum steady-state MSDs were

found and listed in Table[2] The empirically optimal parameters generally match theoretically optimal parameters obtained

via (38) and (39).

Motivated by recently proposed proportionate recursive least squares (PRLS) algorithm, a proportionate recursive max-

imum correntropy criterion (PRMCC) adaptive filtering algorithm was designed. To address the conflicting objectives
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of faster convergence and lower steady-state error, an adaptive convex combination of two PRMCC filters was investi-
gated, leading to the combinational PRMCC (CPRMCC) algorithm. Theoretical performance analyses were provided
for the PRMCC and CPRMCC algorithms. Numerical simulations of system identification verified the superiority of

PRMCC/CPRMCC over the non-sparsity-aware RMCC, as well as the accuracy of theoretical performance results.

Appendices

A. Proof of

In order to make the stability analysis tractable, we approximate P(n) and G(n — 1) by their steady-state means P and
G.. We firstly derive the steady-state mean of P~1(n). According to [21]], P~*(n) can be written as
e*(iln)

Pl (n) = A0y + ) N exp(—— 3 )x (D)% (i), (65)
=0

where 4 is preset. As \ < 1, the steady-state mean of P~ (n) as n—o0, is given by

Efexp(— “")R

P! = lim E[P'(n)] = 2
lim E [P~ (n)] = : (66)
in which R = E [xx(n)x}% (n)] is the input covariance matrix.
By applying lim e(é|n) = v(n) and the Taylor series expansion, E[exp(— < (2(;02‘") )] can be expressed as
1—> 00
e?(ooln) vi(n) | vi(n) 4 oy Epi(n)]
E[exp(— 202 )] = E[l - 202 + [ + O(U (n))] ~1- 252 + gt (67)

where the second approximation holds when the estimation noise power is sufficiently small such that the term E[o(v*(n))]
is negligible.
Based on (66) and (67), we can approximate the mean value of P(n) as

(1=2) -1

E[v*(n)]

. (68)
1=552 + T5or

EP(n)~E[P'(n)] " =P~

The E [G(n — 1)] can be approximated by its steady-state mean G, whose i-th diagonal element can be easily obtained

from (12) as [26]

1—« |w;| )
a0 (1)) 69
9 ( v g (©9)
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Regarding f(e(n|n—1)) in (7), we have, again according to the Taylor series expansion, the following approximation

f(e(n|n-1))

~ e(n|n—1) — e’(n|n—-1) | e’(njn-1)

202 8ot

~ x5 (n)hy(n—1) +v(n) —

v3(n) + 3x% (n)hy (n—1)v2(n) n v®(n) + 5x% (n)hy (n—1)v(n)

202 8ot

where

e(n|n—1) = x5 (n)hy(n — 1) + v(n),

, (70)

(71)

and the approximation in the third line of (70) is valid when the noise power is small. Substituting (70) into 1) yields

hy(n) = [Iy — A(n)lhy(n—1) —a(n),

where

Ay = (1= 2200 B G 1B ) (),
U3 n U5 n
a(n) = (o(m)~ 5 1+ 2 G 1P )y ()

To obtain the stability condition for the PRMCC, we express (72) as

hav(n) = [T — Aln— )l (0) — [ [In — Aln—i)]a(1) - —afn),
1=0 =0

Based on (68)), (69) and Assumptions 1-3, we take the expectation on both sides of and obtain

2 g4
(17)\)(17 SZU + uE[vU(n)}) n
022 - E[Mi ]4 G| Efhy(0)].
1 - ﬁ + 8c4

Bl ()] ~ [Ty -

B. Proof of (28)

For convenience, we rewrite (27) as

(72)

(73)

(74)

(75)

(76)

K(n) = K(n — 1) Elhy(n—1)xk ()P(0)G(n—1)f(e(nln—1))] -~ EIG(n—1)P(n)xy(n)hk (n—1)f(e(nln—1))]

+E[G(n—1)P(n)xn (n)xy (n)P(n)G(n—1)f*(e(nln—1))],
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By using and Assumptions 1-2, the second term on the RHS in can be simplified as

E[hy (n—1)x} (n)P(n)G(n—1)f(e(nln—1))]
~ Elhy(n—1)h% (n—1)xx(n)x5 (n)P(n)G(n—1)
B 3v2(n)hy (n—1)h% (n—1)xy(n)x% (n)P(n)G(n—1)

202
N 51;4(n)hN(n—1)hJTv(n—1)XN(n)x]TV(n)P(n)G(n_1)]
8ot
(=N (1- 3% + o))
1— ¢ e _|_E['u4(n)] K(n—-1)G.

In a similar way, we obtain the approximation of the third term in the following, which is given by

0'2 U4 n
(1-N)(1 2 ’5+5E[&,£ 1)
1_ u +

E[G(n—1)P(n)xy(n)h} (n—1)f(e(nn—1))] ~

E[v“(n)]

We continue to use the Taylor series expansion and to expand f2(e(n|n—1)) as
2
-1
%73))@2(7“71—1)
et(njn—1) n eS(njn—1)
o2 204
~ v*(n) + 2x5(n)hy(n—1)v(n) + x5 (n)hy(n—1)hk (n—1)xx(n)

Fle(nn=1)) = exp(~

g

~ e*(nln—1)—

_114(71) + 403 (n)x% (n)hy (n—1) + 60%(n)x% (n)hy (n—1)h% (n—1)xy(n)

GK(n —1).

o2

_|_

v8(n) + 6v°(n)xL (n)hy(n—1) + 150%(n)x% (n)hy (n—1)hL (n—1)xn(n)

204

such that the fourth term in (77)) can be evaluated as

E[G(n—1)P(n)xy (n)xk ()P (n) G(n—1)f*(e(n|n—1))]
(L=N? 2y _ vt | W)
A= 2+ B & B[ = T

O] I )l () (n— D (n— Dy (m)scy ()| @

~
~

)x (n)x} (n)

+(1-

2
N (1— )\)2(05 E[1)4(n)] + E[a;i(f,)])Gz . (1— )\)2(1 _ 60,” + M)

20~ g + By (1~ g + By

200" GK(n—1)G,

)

(78)

(79)

(80)

81)

where the first approximation is due to Assumption 3, and the second approximation is obtained by replacing x y (n)x% (n)
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with R and noting that R™! = ;I v. Substituting (78), (79) and (I) into (77) and letting n—oc, we further arrive at

302 5E[vt(n)] (1= A)(1— 5 4 1Ll
(=55t —goa ) (K(0)G + GK(c0)) — PR A =TI

GK(0)G

(1=N(o 3 E[v*(n)] +E[v6(n)]) )

0'2 204

o2(1— 2 + HGl) ’

~
~

from which the (i, ¢)-th element of K(o0) is equal to

6
(1— /\)qL(UQ E[v (")]+E[U (")])
o5 +b[v4<n>1)

oz (1-

Ki(o0) =~

302 5E[vt(n)] (1 )\)97(1_44_M)

17
=5 _ ,,+E[u4<nn

C. Proof of (6)

Based on (Z1)), the weight error vectors of both component filters are given by

hy(n)=h;(n-1)—G1(n-1)P1(n)xy(n)f(e1(n|n-1)),
hy(n) =ha(n—1)—Ga(n—1)P2(n)xx(n) f(e2(n|n—1)).

Taking the outer product of h; (n) and ho(n) then applying the statistical expectation, we can obtain

Hiz(n) = His(n— 1) — Efhy (n — x5 (0)Pa(n)Ga(n — 1) (es(nln — 1))]
—E[G1(n — 1Py (n)xx (n)h] (n — 1) f(ex (nfn — 1))
HE[G1 (n — 1Py (n)xy (n)x§ (n) P2 (n) Ga(n—1) f(e1 (nn—1)) f(ez(nln—1))].

Similar to the derivations of (78) and (79), the second and third terms on the RHS of (86) can be computed as

(LN (1~ G + i)

1~ g + Fg

E[hy(n— 1)x%(n)P2(n)G2(n7 1) f(e2(n|jn—1))] ~ Hiz(n — 1)Go,

(1_)\)(1_ v_|_5E[v4(n)])

E[G1(n—1)P1(n)xn(n)hg (n—1) f(ex(nln—1))] ~ E[o (781()’]4 GiHia(n - 1),

1— 25 4

where the i-th diagonal element of Gj, j = 1, 2, is
11—« |’LU1|
9ji = ejti = 9]' ( ON + (1 + Oé)) .

2[lw |l
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(83)

(84)
(85)

(86)

87)

(88)

(89)



Before analyzing the fourth term of RHS in (86), we firstly derive the approximation of f(e1(n|n—1))f(ea(n|n—1))

f(er(n|n—1)f(e2(n|n—1)
e3(n|n —1)
202

e3(nln — 1)
202

%

(ex(nln —1) - )(ez(nfn —1) — )

= ei(nln—1)ex(njn—1) —

e1(njn — 1)e3(njn — 1) + ed(n|n — Dea(n|n — 1) n ef(njn — 1)e3(njn — 1)

202 404

xj (n)hi (n —1)hg (n = 1)xn(n) +xx (n) (hi(n — 1) + ha(n — 1))v(n) +v*(n)

_21} (n) + 4x%(n)(hy(n — 1) + ha(n — 1))v3(n) + 6x% (n)hy (n — 1)hI (n — 1)xn(n)v?(n)
202

v8(n) 4+ 3x% (n)(hi(n — 1) + ha(n — 1))v5(n) + 9x5(n)hi(n — 1)hI (n — V)xy(n)vi(n)

404 ’

%

+

where e;(n|n — 1) = x%(n)h;(n — 1) + v(n) and €3 (n|n — 1) ~ 3x% (n)h;(n — 1)v3(n) +v3(n),i = 1,2.

Now we have

E[G1(n — 1)P1(n)xn(n)xx (n)P2(n)Ga(n—1)f(e1(n|n—1)) f(ea(n|n—1))]
(1 — A)Q 2 U4(n) UG(n)
g (1~ 202 + E[U4(”)]) G1E | (v (n) — = o

B 0 e (e () (1~ DB (= 1) )y )| G

(1 _ )\)2(0.3 _ E[1,4(n)] + E[ZZ(ZL)]) (1 _ )\)2(1 3‘73 + 9E[Z;£”)])
Bl G1Ga + Ew(n)}
0'2( 20_2 + ) (1 202 + )

Q

+(1-

g

Q

With (44)), (87), and (9T)), we finally arrive at

6
(1=X)012t; (02 E[v (”)]+F[U (n)])

03(1—i+Elv4<n>1)
MSD12 ~ Z -y e o
i=1 302 | 5E[v(n)] (1=N)012t;(1—2 v 7)
(1— 5o +=34) — e~
1— 2 +7
with
0105
015 = .
2 01 + 02
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