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Abstract—The computational complexity of the conventional
adaptive beamformer is relatively large, and the performance
degrades significantly due to the model mismatch errors and
the unwanted signals in received data. In this paper, an effi-
cient unwanted signal removal and Gauss-Legendre quadrature
(URGLQ)-based covariance matrix reconstruction method is
proposed. Different from the prior covariance matrix reconstruc-
tion methods, a projection matrix is constructed to remove the
unwanted signal from the received data, which improves the
reconstruction accuracy of the covariance matrix. Considering
that the computational complexity of most matrix reconstruction
algorithms is relatively large due to the integral operation,
we proposed a Gauss-Legendre quadrature-based method to
approximate the integral operation while maintaining accuracy.
Moreover, to improve the robustness of the beamformer, the mis-
match in the desired steering vector is corrected by maximizing
the output power of the beamformer under a constraint that the
corrected steering vector cannot converge to any interference
steering vector. Simulation results and prototype experiments
demonstrate that the performance of the proposed beamformer
outperforms the compared methods and is much closer to the
optimal beamformer in different scenarios.

Index Terms—Covariance matrix reconstruction, desired signal
removal, robust adaptive beamforming, Gauss-Legendre quadra-
ture, steering vector estimation.

I. INTRODUCTION

Adaptive beamforming is an array signal processing tech-
nology that has been widely applied in radar, sonar, wireless
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communication, and many other fields [1,2]. It is a data-based
beamformer that adjusts the weights adaptive according to
the received data to extract the desired signal and suppress
the interference and noise [3]. The minimum variance dis-
tortionless response (MVDR) is one of the most well-known
adaptive beamforming algorithms with the assumption that the
desired signal and antenna array structure are known accu-
rately [4]. MVDR has excellent resolution and interference
suppression capability, but it is sensitive to the steering vector
and covariance matrix mismatch. The effectiveness of the
beamformer degrades severely, especially when the desired
signal is presented in the received data, which is inevitable
in practice [5]. Therefore, a lot of work has been spent on
how to improve the robustness of the adaptive beamformer
during the last decades [6]-[8].

Generally, the robust adaptive beamforming techniques can
be divided into several types: diagonal loading technique,
eigenspace-based technique and covariance matrix reconstruc-
tion [9]. The diagonal loading is a widely used method, which
adds a scaled identity matrix to the covariance matrix to
get robustness [10,11]. However, how to choose the optimal
diagonal loading factor is a difficult problem, and it decides
the performance of the beamformer directly. An uncertainty
set of the steering vector is proposed to calculate the diagonal
loading factors precisely in [12]. A simple tridiagonal loading
method called automatic tridiagonal loading is proposed to
enhance the robustness in [13]. The eigenspace-based tech-
nique uses the orthogonality between the steering vector and
subspace to correct the nominal steering vector and estimate
the covariance matrix [14]-[17]. However, it is hard to obtain
an accuracy subspace and the signal subspace can be covered
by the noise subspace when the SNR is low. An eigenvalue
beamformer is proposed to resolve the unknown signal of
interest whose spatial signature lies in a known subspace
in [18]. Ref. [19] uses the subspace fitting and subspace
orthogonality techniques to improve the performance of the
beamformer.

The covariance matrix reconstruction technique is a novel
method, which separates the desired signal component away
from the sample covariance matrix to enhance the robustness
of the beamformer [20,21]. In [7], the interference-plus-noise
covariance matrix (IPNCM) is firstly reconstructed by using
the Capon spectrum to integrate the nominal steering vector
over an angle range that does not contain the desired signal
direction. Based on this, an annulus uncertainty set is proposed
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to replace the normal linear integral interval to improve the ro-
bustness in [22], which gives the algorithm better performance
but higher complexity. The covariance matrix reconstruction
in [23] follows a similar method to [7,22], but the maximum
entropy power spectrum (MEPS) is used to replace the Capon
spectrum to reconstruct the matrix, and the performance is fur-
ther improved. Estimating the interference steering vectors and
power is also widely used to reconstruct the covariance matrix.
Ref. [24] proposes a matrix reconstruction method by search-
ing the interference steering vectors inside the intersection
of the interference subspace. The interference steering vector
is estimated based on ad-hoc parameters in [25]. Ref. [26]
introduces a matrix reconstruction method based on subspace
and gradient vector. The adaptive beamforming method under
the colored noise is discussed in [27]. The impacts of inter-
ference power estimation on robust adaptive beamforming are
firstly analyzed in [28], and a matrix reconstruction method
via simplified interference power estimation is introduced
then. Based on it, two novel IPNCM reconstruction methods
by estimating the power and steering vectors of interference
are proposed in [29]. To reduce the algorithm complexity,
computational efficient matrix reconstruction algorithms are
proposed in [30]-[32]. A low computational complexity beam-
former using the covariance matrix taper technique is proposed
in [33].

In this paper, to further improve the beamformer perfor-
mance and reduce the algorithm’s computational complexity,
an unwanted signal removal and Gauss-Legendre quadrature
(URGLQ)-based covariance matrix reconstruction method is
proposed. In most existing algorithms, the IPNCM is recon-
structed based on the received data, and it contains the desired
signals, which will affect the accuracy of the reconstruction.
Thus, a projection matrix is constructed to remove the desired
signal information from the received data. The quasi-matrix
can be obtained by projecting the received data onto the pro-
jection matrix, which contains little desired information. The
quasi-matrix is then used to reconstruct IPNCM based on the
Capon spectrum. Due to that the quasi-matrix has less desired
information than the received data, the reconstruction of the
IPNCM-based method is more accurate. Considering that the
conventional method to calculate the integral is to approximate
it by polynomial summation, which usually leads to high
computational complexity, a low-complexity algorithm based
on 3-order Gauss-Legendre quadrature (GLQ) is introduced to
simplify the integral operation. It reduces the computational
complexity of the algorithm while maintaining high algebraic
precision. Furthermore, the presumed desired signal steering
vector is corrected by maximizing the beamformer output
power, which is solved under the constraint that the corrected
steering vector can not converge to any interference. By
combining the reconstructed IPNCM and the corrected desired
signal steering vector, the proposed adaptive beamformer can
be obtained. Simulations and experiments are done to explore
the performance of the algorithm. To summarize, we make the
contributions as follows:

+ A new method for removing the desired signal from
received signal: A projection matrix is constructed to

remove the desired signal information from the received
data. By projecting the received data onto the projection
matrix, a matrix that contains little desired information
can be obtained.

e A new IPNCM reconstruction method with 3-order
Gauss-Legendre quadrature: Gauss-Legendre quadra-
ture is used to approximate the integral operation and
reduce the computational complexity. And a new [IPNCM
reconstruction method based on the desired signal re-
moval and GLQ is proposed.

¢ A method for robust beamforming: To improve the
robustness and performance of the beamformer, a new
beamforming method based on IPNCM and steering vec-
tor estimation is proposed. Simulations and experimental
results show that the algorithm is effective.

The rest of the paper is organized as follows. The signal
model for the adaptive beamforming technique is introduced in
Section II. The preliminary for IPNCM estimation is discussed
in Section III. In Section IV, the novel algorithm is proposed
in detail. After numerical simulations and experiments, the
performances of the proposed beamformer under different
scenarios are demonstrated in Section V. The conclusion is
presented in Section VI finally.

Notations: Upper-case and lower-case boldface letters de-
note the matrices and column vectors, respectively. (-)T
denotes matrix transpose, while the Hermitian transpose is
denoted as (-)!. £{-} stands for the expectation operator of
stochastic variables. ||-||, denotes the £ norm. Tr {-} denotes
the trace of a matrix, and it is equal to the sum of the diagonal
elements of the matrix.

II. SIGNAL MODEL FOR ADAPTIVE BEAMFORMING

Without loss of generality, a uniform linear array (ULA)
with M sensors is considered in this paper, as shown in
Fig. 1. The ULA receives P + 1 far-field narrow-band signals
composing of 1 desired signal so(t) and P interference signals
sp(t) (p=1,2,...,P). The received signal sampled at the k-
th snapshot can be expressed as

x(k) £ [z1(k), z2(k), ...,z (k)T (1)
P
= a(bo)so(k) + Zl a(0p)sp(k) +an(k),
x5 (k) =
zi(k)

where xs(k) € CMXL, z;(k) € CM*! and x,(k) € CM*!
are the desired signal, interference and noise, respectively,
and these signals are statistically independent. x,,(k) (m =
1,2,..., M) represents the received data at the m-th sensor.
6y denotes the direction of the desired signal, and 6, is that of
the p-th interference. a(f) defines a steering vector and can
be given as

a(f) =[ai, a2, - ,anm]
(M —1)md 2
A

_ [176] Y me’.“’e] 51n9]T7

where d is the spacing between the adjacent sensors, and A
denotes the wavelength.
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Desired Signal Desired Signal

Interference
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Fig. 1. Uniform linear array for adaptive beamforming.

An adaptive beamforming method can be adopted to elim-
inate the interference, with a beamforming weight being
w = [wy,ws,...,wy]T € CM*1 the beamforming output
can be obtained as

y(k) = w'a(k). 3)

Traditionally, the optimal weight w,y; is obtained by
maximizing the output signal-to-interference-plus-noise ratio
(SINR)

E{wlralw}
E{wh(x; + ) (2 + xy)Fw}

o2 ‘wHa(eo)‘Q

SINR =

“4)
wH Rinpw

where o2 = € {|so(k)|*} denotes the power of the desired

signal and Rixp € CM*M is the IPNCM. When the inter-
ference and noise are irrelevant, Riyp can be expressed as

P
Ring = Z ora(fy)a (6,) + oo, (5)
p=1

where 012) is the p-th interference power, o2 is the noise power,
and I, is an identity matrix with the size M x M.

The problem of maximizing (4) is mathematically equiva-
lent to the following minimum variance distortionless respond

(MVDR) beamforming problem
minwT Rinpw  s.t. wHa(Ho) =1. 6)
w

The objective function in (6) is to minimize the power of
the interference and noise, and the constraint ensures that the
power of the desired signal is not affected. The solution to (6)
as the MVDR weight is

Werr — RI_NlFa(e())
opt — H 1 .
a''(0o) Rixra(bo)

)

a(0)

Fig. 2. The concept of the direction range ©; and the discretized angle 6;.

In the practical system, since the received signal x(k)
contains both the desired signal and the interference, the ma-
trix Rynr cannot be estimated accurately from (k). Hence,
we replace Rixr by the following sample covariance matrix
(SCM)

. 1 &
R=_ ; (k)" (k), 8)

where K is the number of snapshots. Then, substitute (8) into
(7), and the MVDR beamformer turns to the sample matrix
inversion (SMI) beamformer [3]
L1
R a(f
W = all) 9)
aH(GO)R a(90)

However, there is a large gap between the SCM R and the
IPNCM RinF, and the steering vector errors in the practical
array degrade the performance of the beamformer w [34].
Thus, in this paper, we are trying to estimate both the IPNCM
Rinr and the desired signal steering vector a(fy) accurately
from the received signal x(k) to improve the robustness and
the output SINR of the adaptive beamforming method.

III. PRELIMINARY FOR IPNCM ESTIMATION

To estimate the IPNCM precisely, an efficient reconstruction
method based on the Capon spatial spectrum has been pro-
posed in [35], where the IPNCM is estimated by integrating
over an angle range separated from the desired signal direction
[36].

First, the Capon spatial spectrum is obtained by substituting
the MVDR beamformer (9) back into the objective function
of (6)

1
_
a ()R a(h)

Second, as shown in Fig. 2, with the curve representing
the steering vector a(f), the IPNCM is then reconstructed
by integrating the Capon spatial spectrum over the range ©O;
between 6, and 6,

Ryvp = 72 P(9)a(0)a" (0)do

i

P(0) = (10)

(1)
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where ©; is the interference range, and the desired signal is
not included. Considering that the accuracy of the direction of
arrival (DOA) algorithm is affected by the resolution of the
array and propagation environment, in this paper, we set the
range of the interference 6; as [f; — 8°, 6; + 8°], where 6; is
the presumed interference direction and estimated by the DOA
estimation algorithm. RINF collects all interference and noise
information without the effect of the desired signal.

However, the computational complexity of the integral op-
eration in (11) is high and cannot be solved efficiently. Third,
the integral operation can be approximated by a summation as
[37]

Rine ~ Z —)de (12)

=1 aH(Gl)R a((‘)l)

where the range ©; is discretized into L angles, the [-th angle
is denoted as 6;, and a(#;) is the corresponding steering vector.
The approximation accuracy is dependent on the discretization
number L, and the computational complexity of this method
is O(M2L).

However, in this method, the IPNCM Rnr is estimated
from R as shown in the denominator of (12), where the desired
signal component is included. Moreover, a large number of
discretized angles are needed to approximate the integration
operation precisely.

IV. THE PROPOSED URGLQ ALGORITHM

In this section, a novel adaptive beamforming algorithm
based on IPNCM reconstruction is proposed, which contains
3 steps as shown in Fig. 3. First, a projection matrix is
introduced to eliminate the desired signal from the received
one. A quasi-covariance matrix with less desired information
is obtained after the projection and replaces the SCM in (12).
Second, a matrix reconstruction method based on the Gauss-
Legendre quadrature (GLQ) is proposed to replace the integral
operation and reduce the computational complexity. At last,
the steering vector is updated to reduce the model mismatch
by maximizing the output power of the beamformer.

Step 1 Step 2 Step 3
[ i —— N — |
\ jecti ix]! -
| Projection Matrlx N 3-order GLQ ‘ } Steering Yector |
| _Construction L L Correction |
| | | R T E— \
[ Quasi Matrix |} | IPNCM |
\ Construction } I'| Reconstruction }

R ——— R — F————— [
Robust Adaptive

Beamformer

Fig. 3. The proposed URGLQ algorithm flowchart.

A. Step 1: Projection Matrix Construction

In this step, a projection matrix B is constructed to remove
the desired signal from the received signal x(k), so we have

ol
sl
7 3
6F 2
5
2 5p !
>
4t 0
6 8 10 12 14
3L
oL
| p
1F i
i\
0 1 L 1Y 1
-100 -50 0 50 100
AOA/°

Fig. 4. The value of | BHa(6) ||3 versus 6, where a = 100 Tr {R}

Bz (k) — 0. Then, the IPNCM can be estimated more
accurately. First, we construct a covariance-like matrix as

C = aa(fy)a™(0y) + 1y, (13)

where o > 1 is a construction parameter. To ensure good
orthogonality between the constructed matrix and the desired
signal, we set a = 100 Tr {ORO} in simulations of this paper,
and it can be set as a = 10000 in the practical application to
simplify the calculation. With the eigenvalue decomposition,

we have
M

C=> upp,

i=1

(14)

where p; (i = 1,2, ..., M) denotes the eigenvalue in descend-
ing order, and the eigenvalues can be obtained as 3 = Ma+1
and p; = 1. p; is the eigenvector corresponding to x;. Then,
the inverse matrix can be expressed as

M
Pip?
o1 i

-1 P1P1
= = 1
C = Mot + E p2p2 (15)

Considering that ZZ 1 p;pt = I is fulfilled and o > 1,

C~! can be further approximated as
M
'x Y ppl =Ty —pipl. (16)
i=2
Hence, the projection matrix B can be chosen as
B =1, — p;p%. (17)

A function ||BYa(6)|3 versus 0 is plotted in Fig. 4 to
show that the desired signal can be removed efficiently with
the projection matrix B. In this example, 10 sensors are
considered. 1 desired signal comes from the direction 10° and
2 interference is assumed to be —30° and 40°. The signal-to-
noise ratio (SNR) and interference-to-noise ratio (INR) in each
sensor are both set as 20 dB, the parameter o = 102 Tr{R}.
As shown in Fig. 4, || B"a(0)||3 is small when @ is located
in the direction of the desired signal, which means that the
desired signal is removed effectively.
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Using the projection matrix B, the quasi-matrix R contain-
ing almost only the interference and noise information can be
calculated as

~ H .
R= =Y BY(k) [BH:c(k)} + 62T, )

where 62 is the estimate of the noise power, and is usually

computed as the minimum eigenvalue of SCM. Then, the
IPNCM can be reconstructed by replacing the R in (11) with

R
RINF = %
O;

B. Step 2: IPNCM Reconstruction Using Gauss-Legendre
Quadrature

a(0)a'(9)

at ()R a(0)

Since the complexity of (12) grows rapidly as the number
of discretization L increases, an efficient matrix reconstruction
method based on the Gauss-Legendre quadrature is proposed.

Gauss-Legendre quadrature is a kind of Gauss interpolation
integral formula and is one of the highest algebraic precision
methods in the interpolation-type quadrature formulas [38,39].
Additionally, for the integrands which can be well approx-
imated by polynomials, the Gauss-Legendre quadrature can
approximate operation with high precision [40]. A generalized
interpolation-type Gaussian quadrature formula with N points
can be written as

b N-1
[ ez = 3 s + .
a n=0

where z, € [a,b] (n =0,1,...,N — 1) is the Gauss integral
node, a € R and b € R are the lower and upper bounds of
the integral respectively, F is the integral remainder (residual
error), and A,, is the weight, which can be calculated as

b
_ h(z)
An - A (Z _ Zn)ah(z) dz

0z

(20)

2y

where h(z) = (z—20)(2—21) - - (2—2y,) is a polynomial in z.
It is worth mentioning that the Gauss theorem states that h(z)
must be orthogonal to any polynomials of less than power [N
[41].

Moreover, the N-th normal Legendre polynomial is written
as

1 N2 -1V
2N NI 02N
We can choose the roots of the Legendre polynomial as the
integral nodes in the Gaussian quadrature formula (20), i.e.,
letting z,, as the roots of Py(z) = 0, and construct the GLQ.

Taking the trade-off between computational complexity
and algebraic precision into account, we can choose 3-order
GLQ [42] to calculate the integral. Additionally, the integral
interval is chosen as [—1,1] to facilitate calculation, i.e.,
a = —1 and b = 1. Then, Eq. (20) can be rewritten as

Pn(z) =

(22)

1
/ Rz = Aof (o) + A (1) + Aof(2) + B, (23)

where zg = —v/15/5, 21 = 0, z3 = v/15/5 are the roots of
the 3-order Legendre polynomial, i.e.,
1
Ps(z) = 5(5;23 —3z)=0.

= Pn(z), the weights A,, in (21) can be

(24)

Next, letting h(z)
further obtained as
A —/1 —PN(Z) dz = 2
n OPN(z, - 2 12
) T (1o 22) |25t |
(25)

Thus, using 3-order Legendre polynomial, the weights can be
obtained as Ay =5/9, Ay =8/9, A; =5/9.

Finally, by combining the roots z, and the weights A,,
Eq. (23) can be approximated as

JRE ( *gﬁ>+ f()+gf<\/?> 26)

Furthermore, using a simple linear transformation, a general
integral can be approximated by a 3-order GLQ as

/abf(z)dz R~ b

where 1, = 1(a+b) + 32,(b — a).
Therefore, the IPNCM (19) can be calculated by the 3-order
GLQ as

|5+ G0+ 5] @

; 7{ a(0)a" (9)
Rinr = — 1
©i G(Q)HRINFG(H)
8
l l l 28
S |5t + 500 + 3. e
a(0)a" ()
- T -1
al(0) Rinpa(0)
where 6, and 6, are the lower and upper bounds of the integral
angular range ©; = [0, 60,], and [,, = %(0(,, +6,) + %:cn(Qb -

0.). Additionally, when calculating the IPNCM by the 3-order
GLAQ, the integral angular range ©; is the range of interference.

do

C. Step 3: Desired Signal Steering Vector Estimation

In practice, the presumed desired steering vector a(fp),
which is simply obtained by the DOA estimation, is usu-
ally different from the actually desired steering vector a(fy)
due to the complex propagation environment. Therefore, a
steering vector estimation method based on maximizing the
beamformer output power is proposed in this step.

To maximize the output SINR Eq. (4), an optimization
problem in Eq. (6) can be obtained and solved by Eq. (7).
By substituting both the Capon beamformer (7) and the
reconstructed IPNCM RINF (28) into Eq. (6), the output power
of the beamformer can be obtained as [7]

P(60) = ! 7

P

a(6o)" Riypa(fo)
which is a function of the steering vector a(fp), and a(6y)
can be estimated by maximizing P(6y). Suppose that a(fy) =

(29)
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Algorithm 1 Proposed URGLQ Adaptive Beamforming

1: Input: Array received data {alr:(k:)}kK:1

2: Calculate the SMI R = £ S0 | a(k)z(k)u;

3: Construct the covariance-like  matrix
aa(y)at(6p) + In, o = 100 Tr {R},

4: Construct the projection matrix B = C~" = Iyp,p!l;
5: Calculate quasi-matrix R = B"RB + 621
6: lgeconstruction the IPNCM Ring based on GLQ,
Rine = B2ba[Agf(lo) + Arf(la) + Aaf(l2)], £(B) =
a(9)a”(0) .
aH(O)R_la(G))g.e @“. . .
7: Correct the desired signal steering vector by solving a
QCQP (31);
8: Design proposed adaptive beamformer wprop
RINF@(QU)
dH(eo)RINFd(Qo) ’ . . .
9: Output: Proposed robust adaptive beamforming weight
VECtor Wprop

C =

a(fy)+e, where e is the mismatch vector, and the optimization
problem of estimating a(fy) can be expressed as

min  (a(60) + e Ry (a(fo) + e) (30)
s.t. (a(ﬂo) + e)HRINF(a(Go) + 6) < aH(GO)fZINFa(GO),

where the constraint prevents the estimated steering vector a
from converging to the range O;.

The mismatch vector e can be further decomposed into e
and e, where e is orthogonal to a(fly), while the e is
parallel to a(fl). Consider that e|| is a scaled copy of a(6y),
so it does not affect the beamforming performance. Thus, (30)
can be transformed into
min  (a(0o) +e.)" Rye(a(t) +e.)

st. a(fp)eL =0 (31)

D. Computational Complexity Analysis

Since the proposed beamforming algorithm consists of three
parts: projection matrix construction, IPNCM reconstruction
using Gauss-Legendre quadrature and desired signal steering
vector estimation, its computational complexity is determined
by the three parts. Furthermore, the IPNCM reconstruction
part, which is based on the Gauss-Legendre quadrature, only
needs three addition operations and has relatively low com-
plexity. Thus, the computational complexity of the proposed
algorithm mainly depends on the projection matrix con-
struction and steering vector estimation. In projection matrix
construction, the computational complexity is determined by
the eigenvalue decomposition operation of the covariance-
like matrix C (13), which is O(M?3). In steering vector
estimation, a QCQP (31) is solved, and the complexity is
O(M?3-5). Thus, the computational complexity of the proposed
algorithm is O(M?3-°). Meanwhile, to reconstruct the IPNCM,
the computational complexity of LINEAR [7], VOLUME [22],
and ISVPE [25] is O(max(LM?, M3-%)), while SUB [24] is
O(max(LM?, M?3)) and MEPS [28] is O(LM?). Note that,
the L denotes the number of discretization points in the angular
domain, which is much larger than the number of sensors M
in general. Thus, the complexity of the proposed algorithm is
much less than most beamformers.

V. SIMULATION AND EXPERIMENTAL RESULTS

The parameters in this simulation are shown in Table I. In
this part, the ULA with M = 10 omnidirectional sensors,
which are spaced half-wavelength, is considered. For each
antenna sensor, the additive noise is modeled as a complex
Gaussian process, which is spatially and temporally white
with zero mean and unit variance. One desired signal and two
interference are impinging from 6, = 10°, §; = —30° and
02 = 40°, respectively. In all the examples, the INR is set as 20
dB. The interference and desired signal ranges are set as ©; =

(a(6o) + eJ_)HRINF(a(eo) tel)< aH(eo)RINFa(GO), [01—8°,601+8°]Uf; —8°,02+8°] and O = [y —8°, 6y +8°].

where the equality constraint maintains the orthogonality
between e, and a. Since the optimization problem (31) is
a feasible quadratically constrained quadratic programming
(QCQP) problem, it can be efficiently solved by a convex
optimization toolbox.

Finally, substituting the reconstructed IPNCM RINF with
the estimated steering vector a(6p) back into (7), the adaptive
beamformer can be calculated as

1,
Riypa(o)
R =1
aH(‘QO)RINFa(QO)
Based on the above discussion, the detailed procedures of
the proposed adaptive beamforming algorithm are described
in Algorithm 1. In the proposed URGLQ algorithm, matrix
R is obtained from received data by projecting SCM R onto
Q . Then, an IPNCM reconstruction method based GLQ and
R is proposed to reduce the computational complexity and
maintain excellent performance. Combining the reconstructed

IPNCM R and corrected desired steering vector a(f), the
proposed beamformer is obtained.

(32)

Wprop =

The number of discretizations L is set as 20 in all examples
except example 1. The simulation parameters are summarized
in TABLE 1. The code is available online https://github.com/
chenpengseu/robust-adaptive-beamforming-2022.git.

TABLE I
THE PARAMETERS OF THE SIMULATION

Parameter Value
The number of sensors M 10
The spacing d half-wavelength
DOA of desired signal 8o 10°
DOA of interference (61, 62) (—30°, 40°)
INR 20 dB

Desired signal range O (60 — 8°, 00 + 8°]
Interference range ©Og [01 —8°,01 +8°]U b2 —8°,02 + 8°]
The number of discretizations L 20

The proposed algorithm URGLQ is compared with the
following 5 different matrix reconstruction methods:
e The optimal algorithm MVDR [4], which assumes the
desired signal steering vector and antenna array structure
are known precisely;
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 Interference covariance matrix reconstruction beam-
former (LINEAR) [7], which is the first one to recon-
struct the IPNCM by linear integration over the Capon
spectrum, where the parameter is ¢ = 1/0.1 in LINEAR;

o The covariance matrix reconstruction beamformer based
on volume integration (VOLUME) [22], which replaces
the linear integration with a volume integration based on
LINEAR, where the parameters are ¢ = 0.3, ¢!, C [0, 7],
and p = 0.9;

o The interference covariance matrix reconstruction beam-
former based on annular uncertainty set (AUS) [43],
which estimates the desired steering vector by vector
space projection, and improves the robustness of the
algorithm, where p = 0.9, ¢!, C [0, 7];

o The covariance matrix reconstruction based on subspace
projection (SUB) [24], which reconstructs the IPNCM
based on subspace and eigenvalue decomposition;

e The covariance matrix reconstruction with maximum
entropy spectrum (MEPS) [23], which replaces the Capon
spectrum in [7] with maximum entropy spectrum to
improve the performance of beamformer.

All the optimization problems in the simulation and experi-
ment are solved by the convex optimization toolbox CXV [44].
300 Monte Carlo simulations are performed in each scenario
and the desired signal is always included in the received data
of each snapshot. The number of snapshots is fixed to K = 30
when the SNR changes. Similarly, the SNR is fixed to 20 dB
when the number of snapshots changes.

A. Example 1: The Comparison Between the Polynomial Sum-
mation and GLQ.

First, to verify the effectiveness of GLQ algorithm, we
compare the performance of GLQ with the polynomial sum-
mation algorithm versus the number of discretizations. In this
example, the input SNR and INR are set as 20 dB.

32 T T
—A—GLQ
31r —=fe— Summation | |
A A A A A A Ar 3
30 1
29 1
28 fo—% ral o) x " ]

SINR(dB)
3

2 | | | | | |
10 20 30 40 50 60 70 80 90 100
Number of discretizations

Fig. 5. The performance comparison of GLQ method and summation versus
the number of discretizations.

The performance comparison between the proposed method
and polynomial summation is plotted in Fig. 5. As it shows,

50 T
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40 & —h— Proposed
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—8— VOLUME
30+ LINEAR ]
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. —— MEPS
% 20 1
&
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-10 -5 0 5 10 15 20 25 30
SNR(dB)

Fig. 6. Output SINR versus input SNR in example 1.

compared with the GLQ, the performance of the polynomial
summation method is consistently worse, while the complexity
is much higher than GLQ. Furthermore, with the increase
in the number of discretizations, the performance of the
polynomial summation method improves slowly, which means
a sufficiently large number of discretizations is needed to
achieve the same performance as GLQ. Based on this, the
proposed algorithm has better precision with an approximate
integral operation, while the integrands and power spectral
density of the incident signal is not smooth. Thus, com-
pared with the normal polynomial summation method with
the computational complexity O(M?2L), the proposed GLQ
method only needs three addition operations but gets much
more excellent performance. By using GLQ, the computational
complexity of the proposed adaptive beamforming is greatly
reduced while the algorithm maintains high performance.

B. Example 2: Random Signal and Interference DOA Mis-
match

First, the effect of random DOA mismatch is considered.
The mismatch of both the desired signal and interference is
uniformly distributed in [—4°, 4°]. Thus, the desired signal is
O € [6°,14°], two interference are 0, € [—34°,—26°] and
02 € [36°,44°], respectively. The DOA changes from run to
run but keeps fixed from snapshot to snapshot.

The performance of the output SINR versus the input SNR
is shown in Fig. 6. To better distinguish the differences among
each algorithm, Fig. 7 demonstrates the deviation between the
optimal and other beamformers. The two figures show that
the proposed algorithm has a better performance compared
to other beamformers in the case of random DOA mismatch.
Although at the low SNR, the MEPS performs a little better
than the proposed, the proposed algorithm has an excellent
performance in most cases. The performance of SUB gets
decline when the SNR is lower. It may be caused by the
projection operation since the subspace is constructed based
on the eigenvalue decomposition, which is inaccurate when the
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Fig. 7. Deviation from optimal SINR versus SNR in example 1.
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Fig. 8. Output SINR versus the number of snapshots in example 1.

SNR is low. Fig. 8 depicts the output SINR when the input
SNR is fixed at 20 dB and the number of snapshots is varied.
It can be found that the performances of all the algorithms
fluctuate slightly when the snapshot number changes, while
the proposed algorithm always has the best performance and
is more robust.

To make it more general, we test the proposed algorithm
when the desired signal angle is close to the interference
direction. In this simulation, the directions of desired signal
and interference are set as 8y = 5°, #; = —5°, and 65 = 15°,
respectively. Other parameters are the same as previous sim-
ulations, and the results are shown in Fig. 9. The proposed
algorithm has excellent performance, but the performance of
the compared algorithms declines obviously, demonstrating
that the proposed algorithm has better robustness.
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Fig. 9. Output SINR versus input SNR for closer angles.

C. Example 3: Mismatch due to Gain and Phase Perturbations

In this example, the influence of gain and phase pertur-
bations on array output is considered. The gain and phase
mismatches on the m-th sensor can be described as

@ (8) = (14 g ) (ToIOCm=1F0m), (33)

where 7, € N/(0,0.05%) denotes the zero-mean random
gain perturbation of m-th sensor, and 6,, € N(0, (0.0257)?)
denotes the zero-mean random phase perturbation of m-th
Sensor.
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Fig. 10. Output SINR versus input SNR in example 2.

Fig. 10 reveals the performance curves versus the input
SNR, while Fig. 11 shows the deviation between the optimal
method and the tested algorithm, respectively. As they show,
even if all the beamformers have great performances, the



IEEE TRANSACTIONS ON AEROSPACE AND ELECTRONIC SYSTEMS

22 :
—L— Proposed

204 AUS -
—&— VOLUME

181 —6&— LINEAR
—6—SUB

16 1 —— MEPS

SINR(dB)
S

-10 -5 0 5 10 15 20 25 30
SNR(dB)

Fig. 11. Deviation from optimal SINR versus SNR in example 2.
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Fig. 12. Output SINR versus the number of snapshots in example 2.

proposed algorithm gets the best in the case of gain and phase
perturbations. The SUB algorithm has excellent performance
only when the SNR is higher than 15 dB. Fig. 11 shows that
the proposed algorithm has the performance which is closest to
the optimal. The performance versus the number of snapshots
is demonstrated in Fig. 12. The AUS and VOLUME have
almost the same performance, while the proposed performs the
best regardless of the number of snapshots. Additionally, as
the simulation results show, all the algorithms can not achieve
the optimal output SINR. It is mainly determined that the
optimal SINR is calculated by error-free parameters, while
the beamforming algorithms work in a complex environment
with errors.
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Fig. 13. Output SINR versus input SNR in example 3.
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Fig. 14. Deviation from optimal SINR versus SNR in example 3.

D. Example 4: Mismatch due to Steering Vector Random
Error

The effect of mismatch due to steering vector random error
is investigated in this example. Considering that each actual
steering vector is generated by adding a random error vector
to the nominal steering vector as

a; =a; +§;, (34)

where &, is the random error corresponding to a;, and can be
expressed as

g = Li[ei% 3% . eitha]T, (35)
where the Euclidean norm p; follows a uniform distribution in
the interval [0,1/0.3], and the phases ¢!,,m = 0,1,..., M —1
are uniformly distributed in [0, 27) and are independent with
each other.
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Fig. 16. The experimental scene.

Fig. 13 and Fig. 14 display the performance of the tested
algorithms versus the input SNR. It can be found that in
the case of steering vector random error, even if the MEPS
and other algorithms can effectively reduce the error, the
proposed algorithm demonstrates an obvious improvement
compared to other beamformers. The AUS performs with a
good effect which is the same as VOLUME. Fig. 15 displays
the output SINR versus the number of snapshots, which shows
the proposed algorithm has excellent robustness.

E. Experimental Data

In this section, an experiment is carried out by an S-band
ULA system. The system consists of 4 received sensors and 2
transmitting sensors, where the transmitting sensors are both
about 4 meters away from the receiving sensors, and the
spacing between the two transmitting sensors is about 4.2
meters. The spacing of adjacent receiving sensors is half-
wavelength. Signals are generated by a field-programmable
gate array (FPGA) signal generator and consist of Gaussian
white noise with 10 MHz bandwidth. The received signals
are transmitted to the computer through the network cable for
subsequent processing. The experimental scene is presented in
Fig. 16.
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Fig. 17. The beampattern for the different algorithms with experimental data.

According to the experimental data, we get the two trans-
mitting sensors’ locations at —54.8° and 8.1° of the receiving
sensors by using the Capon spectrum, respectively. The trans-

| mitting sensor at —54.8° is chosen as the interference, and

the other is chosen as the target. The SNR and INR of the
received signal are both 5 dB.

The performance of the proposed algorithm is evaluated and
compared with AUS, VOLUME, LINEAR, SUB, and MEPS

| methods. The beampatterns of all the tested algorithms with

the experimental data are shown in Fig. 17. We can find
that almost all the algorithms can suppress the interference
efficiently except the SUB method, which is mainly caused by
the low SNR, and is consistent with the previous simulation
results. The proposed algorithm forms a deeper null around
the location of the interference, which is the same as MEPS
algorithm but more precisely than MEPS, since the null is
closer to the direction of the interference. Furthermore, the
proposed algorithm maintains the desired signal well, it only
forms little attenuation in the direction of the desired signal,
while the VOLUME method forms a nearly 10 dB attenuation
of the desired signal.

VI. CONCLUSION

In this work, a novel adaptive beamforming algorithm
based on the IPNCM reconstruction is proposed. A projection
matrix is constructed to remove the desired signal from the
received data to reconstruct the IPNCM accurately. To reduce
the algorithm complexity, the Gauss-Legendre quadrature is
introduced. Based on the reconstructed covariance matrix, the
presumed steering vector of the signal is corrected by maxi-
mizing the array output power. The computational complexity
of the proposed algorithm is O(M3-3), which is less than most
robust adaptive beamformers. The simulation results show that
compared to other beamformers, the proposed beamformer can
achieve excellent performance with less computation and is
always close to the optimal. Meanwhile, the experimental data
shows the proposed algorithm performs better in a practical
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environment. Future work will explore novel reconstruction
methods of IPNCM to improve the robustness of the beam-
former further and reduce the computational complexity.

REFERENCES

[11 Z. Zheng, K. Liu, W.-Q. Wang, Y. Yang, and J. Yang, “Robust adaptive
beamforming against mutual coupling based on mutual coupling coeffi-
cients estimation,” IEEE Transactions on Vehicular Technology, vol. 66,
no. 10, pp. 9124-9133, 2017.

[2] H. L. Van Trees, Detection, estimation, and modulation theory, part I:
detection, estimation, and linear modulation theory. John Wiley &
Sons, 2004.

[3] I. S. Reed, J. D. Mallett, and L. E. Brennan, “Rapid convergence rate
in adaptive arrays,” IEEE Transactions on Aerospace and Electronic
Systems, no. 6, pp. 853-863, 1974.

[4] J. Capon, “High-resolution frequency-wavenumber spectrum analysis,”
Proceedings of the IEEE, vol. 57, no. 8, pp. 1408-1418, 1969.

[5] S. A. Vorobyov, A. B. Gershman, and Z.-Q. Luo, “Robust adaptive
beamforming using worst-case performance optimization: A solution to
the signal mismatch problem,” IEEE Transactions on Signal Processing,
vol. 51, no. 2, pp. 313-324, 2003.

[6] L. Du, J. Li, and P. Stoica, “Fully automatic computation of diagonal
loading levels for robust adaptive beamforming,” /EEE Transactions on
Aerospace and Electronic Systems, vol. 46, no. 1, pp. 449-458, 2010.

[71 Y. Gu and A. Leshem, “Robust adaptive beamforming based on interfer-
ence covariance matrix reconstruction and steering vector estimation,”
IEEE Transactions on Signal Processing, vol. 60, no. 7, pp. 3881-3885,
2012.

[8] X. Yang, S. Li, Y. Sun, T. Long, and T. K. Sarkar, “Robust wideband
adaptive beamforming with null broadening and constant beamwidth,”
IEEE Transactions on Antennas and Propagation, vol. 67, no. 8, pp.
5380-5389, 2019.

[9] P. Chen, J. Gao, and W. Wang, “Linear prediction-based covariance
matrix reconstruction for robust adaptive beamforming,” IEEE Signal
Processing Letters, vol. 28, pp. 1848-1852, 2021.

[10] B. D. Carlson, “Covariance matrix estimation errors and diagonal load-
ing in adaptive arrays,” IEEE Transactions on Aerospace and Electronic
systems, vol. 24, no. 4, pp. 397401, 1988.

[11] A. Elnashar, S. M. Elnoubi, and H. A. El-Mikati, “Further study on
robust adaptive beamforming with optimum diagonal loading,” IEEE
Transactions on Antennas and Propagation, vol. 54, no. 12, pp. 3647—
3658, 2006.

[12] J. Li, P. Stoica, and Z. Wang, “On robust capon beamforming and
diagonal loading,” IEEE Transactions on Signal Processing, vol. 51,
no. 7, pp. 1702-1715, 2003.

[13] M. Zhang, X. Chen, and A. Zhang, “A simple tridiagonal loading method
for robust adaptive beamforming,” Signal Processing, vol. 157, pp. 103—
107, 2019.

[14] W. Jia, W. Jin, S. Zhou, and M. Yao, “Robust adaptive beamforming
based on a new steering vector estimation algorithm,” Signal processing,
vol. 93, no. 9, pp. 2539-2542, 2013.

[15] Z. Lan, C. Zheng, Y. Wang, H. Peng, and H. Qiao, “Adaptive threshold
for eigenspace-based minimum variance beamformer for dark region
artifacts elimination,” IEEE Transactions on Instrumentation and Mea-
surement, vol. 70, pp. 1-16, 2021.

[16] C. Zhou, Y. Gu, S. He, and Z. Shi, “A robust and efficient algorithm for
coprime array adaptive beamforming,” IEEE Transactions on Vehicular
Technology, vol. 67, no. 2, pp. 1099-1112, 2018.

[17] J. Yang, Y. Tu, J. Lu, and Z. Yang, “Robust adaptive beamforming based
on subspace decomposition, steering vector estimation and correction,”
IEEE Sensors Journal, vol. 22, no. 12, pp. 1226012268, 2022.

[18] A. Pezeshki, B. D. Van Veen, L. L. Scharf, H. Cox, and M. Lund-
berg Nordenvaad, “Eigenvalue beamforming using a multirank mvdr
beamformer and subspace selection,” [EEE Transactions on Signal
Processing, vol. 56, no. 5, pp. 1954-1967, 2008.

[19] P. Chen, Y. Yang, Y. Wang, and Y. Ma, “Adaptive beamforming with
sensor position errors using covariance matrix construction based on
subspace bases transition,” IEEE Signal Processing Letters, vol. 26,
no. 1, pp. 19-23, 2019.

[20] F. Shen, F. Chen, and J. Song, “Robust adaptive beamforming based on
steering vector estimation and covariance matrix reconstruction,” /EEE
Communications Letters, vol. 19, no. 9, pp. 1636-1639, 2015.

[21] S. Mohammadzadeh and O. Kukrer, “Robust adaptive beamforming for
fast moving interference based on the covariance matrix reconstruction,”
IET Signal Processing, vol. 13, no. 4, pp. 486493, 2019.

[22]

[23]

[24]

[25]

[26]

[27]

(28]

[29]

[30]

[31]

[32]

[33]

[34]

[35]

[36]

[37]

(38]

(391

[40]

[41]

[42]

[43]

[44]

L. Huang, J. Zhang, X. Xu, and Z. Ye, “Robust adaptive beamforming
with a novel interference-plus-noise covariance matrix reconstruction
method,” IEEE Transactions on Signal Processing, vol. 63, no. 7, pp.
1643-1650, 2015.

S. Mohammadzadeh, V. H. Nascimento, R. C. de Lamare, and O. Kukrer,
“Maximum entropy-based interference-plus-noise covariance matrix re-
construction for robust adaptive beamforming,” IEEE Signal Processing
Letters, vol. 27, pp. 845-849, 2020.

X. Yuan and L. Gan, “Robust adaptive beamforming via a novel
subspace method for interference covariance matrix reconstruction,”
Signal Processing, vol. 130, pp. 233-242, 2017.

Z. Zheng, Y. Zheng, W. Wang, and H. Zhang, “Covariance matrix
reconstruction with interference steering vector and power estimation
for robust adaptive beamforming,” IEEE Transactions on Vehicular
Technology, vol. 67, no. 9, pp. 8495-8503, 2018.

S. Sun and Z. Ye, “Robust adaptive beamforming based on a method
for steering vector estimation and interference covariance matrix recon-
struction,” Signal Processing, vol. 182, p. 107939, 2021.

H. Yang, P. Wang, and Z. Ye, “Robust adaptive beamforming via
covariance matrix reconstruction under colored noise,” IEEE Signal
Processing Letters, vol. 28, pp. 1759-1763, 2021.

Z. Zheng, T. Yang, W.-Q. Wang, and H. C. So, “Robust adaptive
beamforming via simplified interference power estimation,” IEEE Trans-
actions on Aerospace and Electronic Systems, vol. 55, no. 6, pp. 3139—
3152, 2019.

H. Yang, P. Wang, and Z. Ye, “Robust adaptive beamforming via
covariance matrix reconstruction and interference power estimation,”
IEEE Communications Letters, vol. 25, no. 10, pp. 3394-3397, 2021.
H. Ruan and R. C. de Lamare, “Robust adaptive beamforming using a
low-complexity shrinkage-based mismatch estimation algorithm,” IEEE
Signal Processing Letters, vol. 21, no. 1, pp. 60-64, 2013.

H. Ruan and de Lamare, “Robust adaptive beamforming based on low-
rank and cross-correlation techniques,” IEEE Transactions on Signal
Processing, vol. 64, no. 15, pp. 3919-3932, 2016.

Y. Duan, X. Yu, L. Mei, and W. Cao, “Low-complexity robust adaptive
beamforming based on incm reconstruction via subspace projection,”
Sensors, vol. 21, no. 23, 2021.

Z. Zhang, W. Liu, W. Leng, A. Wang, and H. Shi, “Interference-
plus-noise covariance matrix reconstruction via spatial power spectrum
sampling for robust adaptive beamforming,” IEEE Signal Processing
Letters, vol. 23, no. 1, pp. 121-125, 2015.

S. Mohammadzadeh, V. H. Nascimento, R. C. De Lamare, and
O. Kukrer, “Robust adaptive beamforming based on low-complexity
discrete fourier transform spatial sampling,” IEEE Access, vol. 9, pp.
84 845-84 856, 2021.

X. Zhu, X. Xu, and Z. Ye, “Robust adaptive beamforming via subspace
for interference covariance matrix reconstruction,” Signal Processing,
vol. 167, p. 107289, 2020.

X. Zhu, Z. Ye, X. Xu, and R. Zheng, “Covariance matrix reconstruction
via residual noise elimination and interference powers estimation for
robust adaptive beamforming,” IEEE Access, vol. 7, pp. 53 262-53272,
2019.

Y. Gu, N. A. Goodman, S. Hong, and Y. Li, “Robust adaptive beam-
forming based on interference covariance matrix sparse reconstruction,”
Signal Processing, vol. 96, pp. 375-381, 2014.

D. P. Laurie, “Computation of gauss-type quadrature formulas,” Journal
of Computational and Applied Mathematics, vol. 127, no. 1-2, pp. 201-
217, 2001.

J. Prentice, “Comments on numerically improved gauss—legendre
quadrature,” Applied mathematics and computation, vol. 174, no. 2, pp.
1454-1459, 2006.

F. Johansson and M. Mezzarobba, “Fast and rigorous arbitrary-precision
computation of gauss—legendre quadrature nodes and weights,” SIAM
Journal on Scientific Computing, vol. 40, no. 6, pp. C726-C747, 2018.
P. N. Swarztrauber, “On computing the points and weights for gauss—
legendre quadrature,” SIAM Journal on Scientific Computing, vol. 24,
no. 3, pp. 945-954, 2003.

L. Shuai, Z. Xue, Y. Fenggang, W. Jun, and J. Ming, “Fast and accurate
covariance matrix reconstruction for adaptive beamforming using gauss-
legendre quadrature,” Journal of Systems Engineering and Electronics,
vol. 32, no. 1, pp. 38-43, 2021.

X. Yang, Y. Li, F. Liu, T. Lan, T. Long, and T. K. Sarkar, “Robust
adaptive beamforming based on covariance matrix reconstruction with
annular uncertainty set and vector space projection,” IEEE Antennas and
Wireless Propagation Letters, vol. 20, no. 2, pp. 130-134, 2020.

M. Grant, S. Boyd, and Y. Ye, “CVX: Matlab software for disciplined
convex programming (web page and software),” 2009.



IEEE TRANSACTIONS ON AEROSPACE AND ELECTRONIC SYSTEMS

Tao Luo was born in Hunan, China in 1999. He
received the B.E. degree in 2021 from the School
of Electronic and Optical Engineering, Nanjing Uni-
versity of Science and Technology, China. He is
currently pursuing the Ph.D. degree in the School
of Information Science and Engineering, Southeast
University, China. His research interests include
radar signal processing and millimeter wave com-
munication.

Peng Chen (Senior Member, IEEE) was born
in Jiangsu, China, in 1989. He received the B.E.
and Ph.D. degrees from the School of Informa-
tion Science and Engineering, Southeast University,
Nanjing, China, in 2011 and 2017 respectively.
From March 2015 to April 2016, he was a Visiting
Scholar with the Department of Electrical Engineer-
ing, Columbia University, New York, NY, USA.
He is currently an Associate Professor with the
State Key Laboratory of Millimeter Waves, South-
east University. His research interests include target
localization, super-resolution reconstruction, and array signal processing.

He is a Jiangsu Province Outstanding Young Scientist. He has served as
an IEEE ICCC Session Chair, and won the Best Presentation Award in 2022
(IEEE ICCC). He was invited as a keynote speaker at the IEEE ICET in 2022.
He was recognized as an exemplary reviewer for IEEE WCL in 2021, and
won the Best Paper Award at IEEE ICCCCEE in 2017.

Zhenxin Cao (Member, IEEE) was born in May
1976. He received the M.S. degree from Nanjing
University of Aeronautics and Astronautics, Nan-
jing, China, in 2002 and the Ph.D. degree from
the School of Information Science and Engineering,
Southeast University, Nanjing, China, in 2005. From
2012 to 2013, he was a Visiting Scholar with North
Carolina State University. Since 2005, he has been
with the State Key Laboratory of Millimeter Waves,
Southeast University, where he is currently a Pro-
fessor. His research interests include antenna theory

and application.

Le Zheng (Senior Member, IEEE) received the
B.Eng. degree from Northwestern Polytechnical
University (NWPU), Xi’an, China, in 2009 and
Ph.D degree from Beijing Institute of Technology
(BIT), Beijing, China in 2015, respectively. He has
previously held academic positions in the Electrical
Engineering Department of Columbia University,
New York, U.S., first as a Visiting Researcher from
2013 to 2014 and then as a Postdoc Research Fellow
from 2015 to 2017. From 2018 to 2022, he worked at
Aptiv (formerly Delphi), Los Angeles, as a Principal
Radar Systems Engineer, leading projects on the next-generation automotive
radar products. Since 2022, he has been a Full Professor with the School
of Information and Electronics, BIT. His research interests lie in the general
areas of radar, statistical signal processing, wireless communication, and high-
performance hardware, and in particular in the area of automotive radar and
integrated sensing and communications (ISAC).

Zongxin Wang (Member, IEEE) was born in Yan-
tai, Shandong province, China in 1970. He received
the B.S. degree in microelectronics engineering from
the University of Hunan, China, in1993, the M.S.
degree from the institute of mechanical science,
China, in 2001 and the Ph.D. degree from the School
of Information Science and Engineering, Southeast
University, China, in 2006.

He is currently an Associate Professor with the
State Key Laboratory of Millimeter Waves, South-
east University. His research interests include PCB
antenna array, slotted waveguide array and antenna stealth technique.




	I Introduction
	II Signal Model for Adaptive Beamforming
	III Preliminary for IPNCM Estimation
	IV The Proposed URGLQ Algorithm
	IV-A Step 1: Projection Matrix Construction
	IV-B Step 2: IPNCM Reconstruction Using Gauss-Legendre Quadrature
	IV-C Step 3: Desired Signal Steering Vector Estimation
	IV-D Computational Complexity Analysis

	V Simulation and Experimental Results
	V-A Example 1: The Comparison Between the Polynomial Summation and GLQ.
	V-B Example 2: Random Signal and Interference DOA Mismatch
	V-C Example 3: Mismatch due to Gain and Phase Perturbations
	V-D Example 4: Mismatch due to Steering Vector Random Error
	V-E Experimental Data

	VI Conclusion
	References
	Biographies
	Tao Luo
	Peng Chen (Senior Member, IEEE)
	Zhenxin Cao (Member, IEEE)
	Le Zheng (Senior Member, IEEE)
	Zongxin Wang (Member, IEEE)


