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Abstract

In many applications, such as sport tournaments or recommendation systems, we have at
our disposal data consisting of pairwise comparisons between a set of n items (or players). The
objective is to use this data to infer the latent strength of each item and/or their ranking.
Existing results for this problem predominantly focus on the setting consisting of a single com-
parison graph G. However, there exist scenarios (e.g., sports tournaments) where the pairwise
comparison data evolves with time. Theoretical results for this dynamic setting are relatively
limited, and are the focus of this paper.

We study an extension of the translation synchronization problem, to the dynamic setting.
In this setup, we are given a sequence of comparison graphs (Gt)t∈T , where T ⊂ [0, 1] is a
grid representing the time domain, and for each item i and time t ∈ T there is an associated
unknown strength parameter z∗t,i ∈ R. We aim to recover, for t ∈ T , the strength vector
z∗t = (z∗t,1, . . . , z

∗
t,n) from noisy measurements of z∗t,i−z∗t,j , where {i, j} is an edge inGt. Assuming

that z∗t evolves smoothly in t, we propose two estimators – one based on a smoothness-penalized
least squares approach and the other based on projection onto the low frequency eigenspace
of a suitable smoothness operator. For both estimators, we provide finite sample bounds for
the ℓ2 estimation error under the assumption that Gt is connected for all t ∈ T , thus proving
the consistency of the proposed methods in terms of the grid size |T |. We complement our
theoretical findings with experiments on synthetic and real data.

1 Introduction

Ranking problems are ubiquitous in statistics and have a wide range of applications, e.g., rec-
ommendation systems [23], sports and gaming tournaments [7, 2], biological systems [6, 41] and
information retrieval [5]. In these problems, we are given a set of items (or players) and data that
typically consists of outcomes of pairwise comparisons between the items. For instance, in movie
recommender systems, the typical data sets contain information about the users’ preference for
one movie over another, by means of a rating score. In sports tournaments, we are given win/loss
information between pairs of teams. The aim then is to recover a ranking of the items given a
collection of such pairwise comparison outcomes. This is often achieved by estimating a (latent)
score for each item, which measures its inherent strength or quality.

From the modeling viewpoint, it is natural to represent the set of pairs of items to be compared
as a simple undirected graph G = ([n], E) where each item is assigned a label in {1, . . . , n} and
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an edge {i, j} ∈ E exists iff i and j are compared in the data generating process. In sports and
gaming applications, for example, we can think of G as the tournament design, representing the
information of who plays who. A necessary condition for recovering the underlying ranking is that
the graph G is connected. Otherwise, there will exist at least two connected components of G and
it is then impossible to produce a full ranking since no comparison information is available for items
in one component with respect to the other.

Let us now describe a relatively simple yet popular model for ranking which is at the heart of
what we study in this paper. Denote z∗ = (z∗1 , . . . , z

∗
n)

⊤ ∈ Rn to be an unknown vector representing
the latent strengths of the items. For each {i, j} ∈ E , we are given a noisy measurement

yij = z∗i − z∗j + ϵij , (1.1)

where ϵ denotes noise. The goal is to recover the unknown signal z∗ given the data (yij){i,j}∈E . The
model in (1.1) is referred to as translation synchronization (TranSync) [21] in the literature and
has received attention in both theory [11, 12] and applications. It is clear that recovering z∗ up to a
global shift is the best we can hope for. In addition, in the noiseless case, we can exactly recover z∗

if and only if G is connected, by considering the following procedure. Take a spanning tree of G and
fix any value for the root node, then traverse the tree while unwrapping the information for each
node of tree (by adding the offsets z∗i − z∗j ). The following are the two main types of applications
of the translation synchronization model.

• Time synchronization of networks. This problem arises in engineering in the context of time
synchronization of distributed networks [27, 15]. Here, we are given noisy measurements of
the time offset z∗i − z∗j , where z

∗
i represents the time measured by a clock at node i. The goal

is to recover the time vector z∗ from the noisy measurements.

• Ranking. Here, z∗i represents the strength/quality of item i, and the goal is to produce a
ranking by the estimation of z∗ from the data (yij){i,j}∈E . For instance, in movie rating
systems, yij is formed by taking the average of the score differences of movies attributed
by individual users [16]. There is an increasing literature on the theoretical side along with
applications of translation synchronization to ranking problems [16, 11, 12]. Although the
model presented in (1.1) is linear, it has been shown that some nonlinear models, such as
the popular Bradley-Terry-Luce (BTL) model, can be approximated in the form (1.1) by
considering an appropriate transformation [18, 19] (see Remark 1).

1.1 Dynamic TranSync model

Dynamic setting for ranking. We will refer to the setup (1.1) as the ‘static’ case since a single
comparison graph – which does not evolve with time – is considered, and the same is true for
the strength parameter z∗. However, in many applications, it is reasonable to assume that the
latent strengths of the items will change over time and so do the comparison graphs. For instance,
in a sport tournament, different teams or players will meet at different times and their overall
strength (or abilities) can either improve (by learning new skills, for example) or deteriorate (due
to injuries, lack of motivation, etc). Similarly, in movie recommendation systems, the evaluation
from the general public that a particular film receives is likely to evolve according to time-dependent
factors (date of release, change in viewer’s taste etc). The dynamic setting extends the static one
by considering a sequence of comparison graphs Gt = ([n], Et), where the sub-index t represents the
time evolution. Moreover, the latent strength parameter of each item will be a function of t.
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Dynamic TranSync model. In this paper, we will focus on a dynamic version of the TranSync
model [21]. Denoting T to be a uniform grid1 of [0, 1] of size T + 1, we observe at each time t ∈ T

yij(t) = z∗t,i − z∗t,j + ϵij(t), {i, j} ∈ Et. (1.2)

Here z∗t,i, z
∗
t,j are the strength parameters of item i and j respectively at time t, and ϵij(t) represents

the noise in the data. Our objective is to recover the vector z∗t = (z∗t,1, . . . , z
∗
t,n)

⊤ up to an additive
shift via the estimate ẑt, from the observations yij(t). In particular, we would like to establish
consistency w.r.t T (with n fixed) in the sense that the mean squared error (MSE)

1

|T |
∑
t∈T

∥ẑt − z∗t ∥
2
2
T→∞−→ 0. (1.3)

The following remarks are in order.

• If no additional assumption is made on the time-evolution of the strengths, then the strategy
of applying existing ‘static’ case methods for each t is the best one possible. However in this
case, we will typically have (1/ |T |)

∑
t∈T ∥ẑt − z∗t ∥

2
2 = Ω(1) as T → ∞.

• The individual comparison graphs Gt can be very sparse, and possibly disconnected for some
(or even all) t ∈ T . Thus, using only the information provided by Gt for inferring z∗t is
doomed to fail.

Yet in practice, it is reasonable to assume that the strength vector z∗t evolves smoothly with time.
This is also the setup considered in this paper and is discussed formally in Section 2.1, see Assump-
tion 1. The smoothness constraints help us in the estimation of z∗t by leveraging pairwise data at
different time instants, thus allowing us to establish the consistency condition in (1.3).

1.2 Related work

We now discuss works that are closely related to the problem setup considered in this paper.

Static ranking models. The BTL model, introduced in [3, 31], is arguably the most well-
studied model for ranking problems. This is a parametric model where the strength of the i-th
item is denoted by w∗

i > 0, and for each {i, j} ∈ E we observe a binary value yij , which takes
the value 1 if j beats i and 0 otherwise. Moreover, it is assumed that the variables (yij){i,j}∈E

are independent and distributed as Bernoulli random variables with parameters
w∗

i
w∗

i +w
∗
j
. Numerous

methods have been proposed to analyze the model theoretically with the goal of estimating the
latent strengths. Perhaps the two methods that have received the most attention are the maximum
likelihood estimator (MLE) [3, 36], and the Rank Centrality method introduced by Neghaban et
al. [36]. Both these methods have been analyzed for general graph topologies (eg., [36]) and for
the special case of Erdös-Renyi graphs (eg., [10, 9]). As mentioned earlier, the BTL model (which
is nonlinear) can be approximated by the TransSync model (1.1) by using the transformation
z∗i = logw∗

i for each item i, along with some additional technical considerations (see Remark 1
for details). Other alternative models that have been thoroughly studied for the ranking problem
are the Thurstone model [43], models based on the strong stochastic transitivity (SST) property
[8, 40, 38] and noisy sorting [32], although for the latter the objective is to recover a ground truth
permutation (which is the ranking) rather than a vector of strengths.

1This is only for ease of exposition, the results hold for any discrete set of size T + 1.
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Dynamic ranking. The dynamic setting has been relatively less studied than its static counter-
part, at least from a theoretical perspective.

• Recently, [26, 2] considered a dynamic BTL model where the parameters of the model evolve
in a Lipschitz smooth manner. For this setting, pointwise consistency rates were derived for
estimating the strength vectors at any given time t ∈ [0, 1] - this was shown for a nearest
neighbor based rank centrality method in [26], and for a maximum likelihood based approach
in [2]. Unlike the local smoothness assumptions made in these works, we consider a global
smoothness assumption, akin to the quadratic variation of a function over a grid.

• Another study of time-dependent pairwise comparisons was proposed in [28]. Their model
posits that comparisons depend on various factors captured in the matrices Sk and Q, where
Sk gathers the time-dependent data and Q is a latent feature matrix. More precisely, the
pairwise comparison matrix at time k, namely X(k), is given by

X(k) = SkQ
⊤ −QS⊤

k ∀k ∈ [T ],

and the matrix Sk is assumed to evolve smoothly with time under the following model

Sk = Sk−1 + Ek ∀k ∈ [T ].

Here Ek is a matrix formed of i.i.d. centered Gaussian variables. The goal is to recover
X(T ), given noisy linear measurements of X(k). Note that in the case where Sk is a vector
of strengths and Q is the all ones vector, the comparisons Xij(k) are noisy measurements of
strength differences, which is similar to the Dynamic TranSync model. However, the smooth-
ness assumption is local, unlike the global smoothness case studied in our work. This local
assumption generally holds in practice, but fails under some real-life events such as injuries
for athletes, that can cause jumps in the strengths’ smoothness. The global assumption used
in this work handles such possibilities.

Apart from these works, some theoretical results have been provided for a state-space generalization
of the BTL model [14, 17] and in a Bayesian framework [17, 30, 33]. Other existing works have
been devoted mostly to applications in the context of sport tournaments [7, 22, 35].

Group synchronization. The model (1.1) can be extended to the case where each item i is
associated to gi which is an element of a group (G, ⋆), and the data available consists of noisy
measurements of gi ⋆ g

−1
j , where ⋆ is the group’s operation. For instance G = SO(2) is the group of

planar rotations, for which the corresponding problem is known as angular synchronization. Here,
one is asked to estimate n unknown angles θ1, · · · , θn ∈ [0, 2π) given noisy measurements of their
offsets θi − θj mod 2π. This problem can be formulated as an optimization problem involving the
maximization of a quadratic function over a non-convex set and is NP-hard. Singer introduced
spectral and semi-definite programming (SDP) relaxations [42] which work well empirically, and
also come with statistical guarantees [1]. The group synchronization problem has also been studied
from a theoretical perspective for other groups such as SO(d) and Z2 (e.g., [29, 34]).

Signal denoising on graphs and smoothness constraints. In terms of the smoothness con-
straints and the proposed estimators, the literature of signal denoising in graphs is perhaps the
closest to our work. In particular, we draw inspiration from [39], where the authors consider a
single graph G = ([n], E), a ground truth signal x∗ ∈ Rn and study the problem of estimating x∗

under the observation model
y = x∗ + ϵ, (1.4)
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where ϵ is centered random noise. Denoting L to be the unnormalized Laplacian matrix of G, it is
assumed that the quadratic variation of x∗ (i.e., x∗TLx∗) is not large which means that the signal
does not change quickly between neighboring vertices. This is equivalent to saying that x∗ lies close
to the subspace spanned by the eigenvectors corresponding to the small eigenvalues of L (i.e., the
‘low frequency’ part of L). In [39], the authors show for sufficiently smooth x∗ and with G assumed
to be the grid graph that linear estimators such as Laplacian smoothing and Laplacian eigenmaps
attain the minimax rate for estimating x∗ in the ℓ2 norm. There are two main differences between
this problem setting and ours. Firstly, the observations yij(t) in our setup (defined in (1.2)) are
supported on the edges rather than on the vertices of a graph. Secondly, we impose a smoothness
constraint based on time and not on vertex vicinity on Gt, which is more adapted to the strength
evolution in the dynamic ranking problem. Nevertheless, the estimators we propose (see Section
2.1) are essentially adaptations of the Laplacian smoothing and Laplacian eigenmaps estimators to
our setup.

1.3 Contributions

In this paper, we make the following main contributions.

• We consider a dynamic version of the TranSync model, where the latent strength parameters
evolve smoothly with time. The smoothness assumption we work under is global in nature,
as opposed to local assumptions previously considered in the literature [26, 2]. We propose
two estimators for this model, one based on a smoothness-penalized least squares approach
and the other based on a projection method, which can be considered as extensions of the
Laplacian smoothing and Laplacian eigenmaps estimators [39], respectively.

• We provide theoretical guarantees for the proposed estimators, deriving high probability
bounds for the global ℓ2 estimation error. In particular, assuming T ⊂ [0, 1] is a uniform
grid (|T | = T + 1) and the comparison graphs (Gt′)t′∈T are connected, we show that under
mild smoothness assumptions (see Theorems 2 and 5), the estimate ẑt returned by either of
our estimators satisfy (1.3). The connectivity assumption on each individual graph is due to
technical reasons for carrying out the analysis, but as discussed later, we believe these results
can be extended to handle the general setting where a fraction of the comparison graphs are
disconnected.

• Finally, we provide numerical experiments that complement our theoretical results. We per-
form extensive experiments with synthetic data for the dynamic versions of the TranSync and
BTL models that demonstrate that our estimators perform well even in very sparse regimes
where individual graphs can be possibly disconnected. In addition, we evaluate our methods
on two real data sets – the Netflix Prize data set [24] and Premier League results from season
2000/2001 to season 2017/2018 [12] – and show that there is a benefit in using temporal
information for estimation.

Outline of the paper. The remainder of the paper is organized as follows. We present the
setup of the dynamic TranSync model in Section 2.1 and the proposed penalized least squares and
projection estimators in Section 2.2. We introduce our main theoretical results, Theorems A and
B, in an informal manner in Section 3. In Sections 4 and 5 we present the analysis of the proposed
estimators, including the precise statements of our main results and we give their proofs in Section
6. Section 7 contains experiments on synthetic and real data sets. Finally, we summarize our
findings in Section 8 and give prospective research directions.
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2 Problem setup and algorithm

Notation. For a matrix A, we denote ∥A∥2 to be the spectral norm, i.e., the largest singular
value, and A† to be its Moose-Penrose pseudo-inverse. If A ∈ Rn×n is symmetric, its eigenvalues
are ordered such that λn(A) ≤ · · · ≤ λ1(A). Given two symmetric matrices A,B, the Loewner
ordering A ≼ B means that B−A is positive semi-definite. The symbol ⊗ is used for denoting the
usual Kronecker product of two matrices. For real numbers a, b, we denote a ∧ b := min(a, b) and
a ∨ b := max(a, b). For a, b ≥ 0, we write a ≲ b if there exists a constant c > 0 such that a ≤ cb.
Moreover, we write a ≍ b if a ≲ b and b ≲ a. Finally, 1n denotes the all one’s vector of size n, and
In denotes the n× n identity matrix.

2.1 The Dynamic TranSync model

Let us introduce formally our model for dynamic pairwise comparisons, inspired by the TranSync
model [21]. Our data consists of pairwise comparisons on a set of items [n] = {1, 2, . . . , n} at
different times t ∈ T =

{
k
T | k = 0, . . . , T

}
, where T is a uniform grid on the interval [0, 1]. At

each time t ∈ T , we denote the observed comparison graph Gt = ([n], Et) where Et is the set of
undirected edges. It will be useful to denote

#»Et = {(i, j)| {i, j} ∈ Et, i < j} as the corresponding
set of directed edges. We assume that the set of items [n] is the same throughout, but the set of
compared items Et can change with time.

To model our data, we use the TranSync model at each time t which posits that the outcome
of a comparison between two items is solely determined by their strengths. The strengths of the
items at time t are represented by the vector z∗t = (z∗t,1, . . . , z

∗
t,n)

⊤ ∈ Rn. For each t ∈ T and for
every pair of items {i, j} ∈ Et, we obtain a noisy measurement of the strength difference z∗t,i − z∗t,j

yij(t) = z∗t,i − z∗t,j + ϵij(t), (2.1)

where ϵij(t) are i.i.d. centered subgaussian random variables with ψ2 norm ∥ϵij(t)∥2ψ2
= σ2 [44].

Let us denote x∗(t) ∈ R|Et| where

x∗ij(t) = z∗t,i − z∗t,j , {i, j} ∈ Et

and x∗ to be formed by column-wise stacking as

x∗ =


x∗(0)
x∗(1)

...
x∗(T )

 .

Remark 1 (BTL model). A well-studied model in ranking problems is the BTL model [3], and it
has recently been extended to a dynamic setting [2, 26]. It posits that at each time t, the probability
that an item is preferred to another item only depends on their strengths. If w∗

t,i is the strength

of item i at time t, the quantity
w∗

t,i

w∗
t,i+w

∗
t,j

represents the probability that i beats j at time t. More

precisely, considering z∗t,i = lnw∗
t,i, it states that

logit (P(i preferred at j at time t)) = z∗t,i − z∗t,j ,

where logit(x) = ln x
1−x for x ∈ (0, 1). At each time t ∈ T and for each pair {i, j} ∈ Et, the

observations are L Bernoulli random variables with parameter equal to the probability that i is

6



preferred to j at time t. Then, taking ỹij(t) as the mean of all the observations corresponding to

this triplet (t, i, j), the fraction Rij(t) :=
ỹij(t)
ỹji(t)

can be viewed as a noisy measurement of
w∗

t,i

w∗
t,j
. Indeed,

it was shown in [19] for the analogous static case (we drop t from the notation) with Rij :=
ỹij
ỹji

that

lnRij = lnw∗
i − lnw∗

j + ϵ̃(w∗
i , w

∗
j , yij) (2.2)

where the RHS of (2.2) consists of terms in the Taylor expansion of the ln function. Note that the
noise in the observations (captured by ϵ̃ in (2.2)) is no longer zero-mean, contrary to the Dynamic
TranSync model, which can introduce some bias in the estimation.

Remark 2 (Outliers model). Another well-known model in group synchronization is the outliers
model [42]. It posits that for any pair of compared items {i, j}, we observe either the true strength
difference or random noise. In our setting, one can introduce the following analogous version of
this model,

yij(t) = (z∗t,i − z∗t,j)Xij(t) + (1−Xij(t))ϵij(t)

where ϵij(t) ∼ N (0, 1) and Xij(t) ∼ B(η), η ∈]0, 1[, denotes the probability of observing the true
strength difference, independent of ϵij(t). Note that in this model, observations are not centered
around x∗(t), contrary to (2.1). However, we can rewrite yij(t) as

yij(t) = yij(t)− E[yij(t)] + E[yij(t)] = ηx∗ij(t) + (1−Xij(t))ϵij(t) + (Xij(t)− η)x∗ij(t)︸ ︷︷ ︸
0−mean, subgaussian

which is similar to (2.1), but with an additional bias since E[yij(t)] ̸= x∗ij(t). This suggests that
the analysis of the outliers model could potentially be done following a similar strategy to ours,
although the presence of the bias term would likely make the analysis more cumbersome. Note that
η is unknown, hence one can not use it directly in the estimation procedure.

Finally, we mention that since t = k/T for an integer 0 ≤ k ≤ T , we will often interchangeably
use t and k for indexing purposes.

Smooth evolution of weights. As discussed in the introduction, we will assume that the weights
z∗t do not change, in an appropriate sense, too quickly with t. Since each z∗t is only identifiable
up to a constant shift, the smoothness assumption that we impose needs to be invariant to such
transformations. The assumption we make is as follows.

Assumption 1 (Global ℓ2 smoothness). Let C ∈ Rn×(
n
2) to be the edge incidence matrix of the

complete graph Kn. We assume that

T−1∑
k=0

∥∥∥C⊤(z∗k − z∗k+1)
∥∥∥2
2
≤ ST . (2.3)

The above assumption states that the vector C⊤z∗t ∈ R(
n
2) does not change too quickly “on

average”, and is analogous to the usual notion of quadratic variation of a function. The regime
ST = O(T ) is uninteresting of course, what we are interested in is the situation where ST = o(T ).
Also note that (2.3) is invariant to a constant shift of z∗t , as desired. We will then aim to estimate
the ‘block-centered’ version of the vector z∗ ∈ Rn(T+1), where each block z∗t is shifted by an additive
constant such that

1

n

n∑
i=1

z∗t,i = 0 ∀ t ∈ T .
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In what follows, we will assume w.l.o.g that z∗ is block-centered. Finally, denoting M ∈ R(T+1)×T

to be the incidence matrix of the path graph on T + 1 vertices and E = M⊤ ⊗ C⊤, we can write
(2.3) as

T−1∑
k=0

∥∥∥C⊤(z∗k − z∗k+1)
∥∥∥2
2
= ∥Ez∗∥22 = z∗

⊤
E⊤Ez∗ ≤ ST .

Hence z∗ lies close to the null space of E⊤E, i.e. N (E⊤E), where this closeness is captured by ST .

Remark 3 (Other smoothness assumptions and error guarantees). As discussed earlier in Section
1.2, local smoothness assumptions have been studied in the literature for other related models, leading
to recovery guarantees at a given time t (see [26, 2] for dynamic BTL model and also [28] for
a non-transitive model with autoregressive noise). Here, we propose a weaker global smoothness
assumption, which fits better some real-life data sets, as it allows for jumps in the smoothness.
However, under a weaker global assumption, the error guarantees one can provide will also be of
the global type, and relatively weaker compared to the local ones. In this work, we will bound the
MSE for estimating z∗ (recall (1.3)).

2.2 Smoothness-constrained estimators

In the Dynamic TranSync model (2.1), observations are noisy measurements of strength differences
with zero-mean noise. A classical approach for recovering the strength vector z∗ is to solve the
following linear system

yij(t) = zt,j − zt,i, ∀t ∈ T , {i, j} ∈ Et (2.4)

in the least-squares sense. To reflect the temporal smoothness of the data, we need to take into
account the smoothness constraints from Assumption 1. We will consider two different approaches
to incorporate these constraints in (2.4).

Smoothness-penalized least squares. A typical approach for incorporating constraints into
a least squares problem involves adding them as a penalty term. Hence, an estimator ẑ of the
strength vector is given as a solution of the following problem.

ẑ = argmin
z0,...,zT∈Rn

z⊤k 1n=0

∑
t∈T

∑
(i,j)∈ #»Et

(yij(t)− (zt,i − zt,j))
2 + λ

T−1∑
k=0

∥∥CT (zk − zk+1)
∥∥2
2
. (2.5)

The penalty term promotes smooth solutions and the estimate ẑ ∈ Rn(T+1) is formed by column
stacking ẑ0, . . . , ẑT ∈ Rn. If λ = 0, then each estimate ẑk only uses the information available at
this time instant, through Gk. Hence, the error ∥z∗ − ẑ∥22 will typically grow linearly with T (large
variance). On the other hand, if λ is very large, then the estimate ẑ will be very ‘smooth’ meaning
that ẑk will be similar for all k. Hence, the error ∥z∗ − ẑ∥22 will typically have a large bias. Therefore
an intermediate choice of the parameter λ is important to achieve the right bias-variance trade-off.

Remark 4 (Laplacian smoothing). Note that the above estimator has similarities with the Lapla-
cian smoothing estimator [39] for the model in (1.4), where an estimate x̂ of x∗ is obtained as

x̂ = argmin
x

∥y − x∥22 + x⊤Lx.

8



Indeed, the Dynamic TranSync model can be compared with the setting in [39] by considering each
of the graphs Gt as the vertices of a path graph, for which information is available as the vector of
observations y(t) at time t. This motivates solving the penalized least-square problem in (2.5) using
the smoothness assumption in (2.3) as the penalty term. Unlike Laplacian smoothing, the penalty
in our case does not involve a Laplacian matrix.

Projection method. Our second approach consists of the following two-stage estimator.

1. Step 1: For each t ∈ T , we compute žt ∈ Rn as the (minimum ℓ2 norm) least-squares solution
of (2.4), and form ž ∈ Rn(T+1) by column-stacking ž0, . . . , žT .

2. Step 2: Let Vτ be the space generated by the eigenvectors of E⊤E corresponding to eigenvalues
smaller than a threshold τ > 0, and let PVτ be the projection matrix on Vτ . Then, the
estimator for z∗ is defined as

ẑ = PVτ ž. (2.6)

As will be seen later due to the form of N (E⊤E), it will hold that each block ẑk ∈ Rn satisfies
ẑ⊤k 1n = 0 for k = 0, . . . , T .

Remark 5 (Laplacian eigenmaps). The above estimator is constructed in a similar fashion as
the Laplacian eigenmaps estimator [39] for the model (1.4), which is obtained by projection of
the observations y onto the space spanned by the smallest eigenvectors (i.e., corresponding to the
smallest eigenvalues) of the Laplacian L. In our setting, we do not have direct information on the
vertices so we replace it by a least-squares solution of (2.4) in Step 1. Moreover, we construct the
projection matrix using the smallest eigenvectors of E⊤E since z∗ lies close to N (E⊤E).

3 Main results

Here we present our main results, namely Theorems A and B, which correspond to theoretical
guarantees for the estimation error of the proposed estimators ẑ and z̃, based on smoothness-
penalized least squares and the projection method respectively. We choose to write the results
in this section in a stylized form for better readability, highlighting the rates with respect to the
time parameter T and hiding the dependency on the rest of the parameters, which will be later
made explicit in Sections 4 and 5. Our theoretical results hold under the assumption that each
comparison graph Gt is connected, but this is essentially for technical reasons and we believe this
requirement can be relaxed, see Remarks 7 and 8 for a more detailed discussion. Simulation results
in Section 7.1 show that the MSE goes to zero for both the estimators (as T increases) even in the
very sparse regime where individual Gt’s may be disconnected.

Theorem A (Smoothness-penalized least squares). Let ẑ ∈ Rn(T+1) be the estimator defined in
(2.5) where the data is generated by the model (2.1) with subgaussian noise parameter σ2 and with
z∗ ∈ Rn(T+1) as the ground truth vector of strength parameters. Suppose additionally that Gt is
connected for each t ∈ T . Under Assumption 1, if λ = σ

4
5 ( TST

)2/5, it holds with probability larger
than 1− δ

∥ẑ − z∗∥22 ≤ T 4/5S
1/5
T ΨLS

(
n, σ, δ

)
+Ψ′

LS

(
n, σ, δ

)
.

Here, ΨLS(·) and Ψ′
LS(·) are functions of the parameters of the problem.

A more formal version of this theorem is given by Theorem 1 in Section 4, where the functions
ΨLS(·), Ψ′

LS(·) are made explicit, up to universal constants.

9



Theorem B (Projection method). Let ẑ ∈ Rn(T+1) be the estimator defined in (2.6). Assume that

each comparison graph in the sequence (Gk)
T
k=0 is connected. If τ = σ−

4
3 (ST

T )2/3, then it holds with
probability larger than 1− δ that

∥ẑ − z∗∥22 ≤ T 2/3S
1/3
T ΨProj

(
n, σ, δ

)
+Ψ′

Proj

(
n, σ, δ

)
where ΨProj(·) and Ψ′

Proj(·) are functions of the parameters of the problem.

For a more formal statement of the previous theorem (with the explicit ΨProj,Ψ
′
Proj), we direct

the reader to Theorem 5 in Section 5. Observe that in the case ST = O(T ), the error in both
theorems is of order O(T ), which is to be expected, since in this case the smoothness constraint is
always satisfied and the statement becomes vacuous. When ST = o(T ), we see for both estimators
that the mean squared error

1

T + 1
∥ẑ − z∗∥22 =

1

T + 1

T+1∑
k=0

∥ẑk − z∗k∥
2
2 = o(1) as T → ∞.

However the bound in Theorem B is better than that in Theorem A in terms of dependence on T ,
when ST = o(T ). This is due to technical difficulties arising during the control of the bias term in
the proof of Theorem A, since (Gk)

T
k=0 is allowed to be any sequence of connected graphs. In spite

of this, we are able to obtain the same error-rate as Theorem B under additional assumptions. More
specifically, in Theorem 1 we assume that the comparison graphs are non-evolving (see Assumption
2) and obtain a rate that matches that of Theorem B. In Theorem 3, we prove that if the comparison
graphs are connected and possibly evolving, and an additional technical condition holds, then we
again recover the rate of the projection estimator.

Remark 6 (Error rates – Lipschitz smoothness). When ST = O(1/T ), then ∥ẑ − z∗∥22 = O(T 1/3)
for Theorem B, which matches the optimal rate for estimating a Lipschitz function on [0, 1] over a
uniform grid, w.r.t the squared (empirical) L2-norm [37, Thm.1.3.1]. Indeed, let fi : [0, 1] → R be
Lipschitz functions for i = 1, . . . , n and define f(t) = (f1(t), . . . , fn(t))

⊤ for each t ∈ [0, 1]. Then
consider the case where z∗ is defined as

z∗t,i := fi(t)−
1⊤f(t)

n
; i ∈ [n], t ∈ T .

Clearly, z∗ is block-wise centered and satisfies Assumption 1 with ST = O(1/T ).

4 Smoothness-penalized least squares estimator analysis

In this section we obtain theoretical guarantees for the error of the estimator ẑ given in (2.5). The
results in this section will build towards proving Theorem A, starting from the special case when
all the graphs are equal in Section 4.1. Before proceeding, we introduce some notation that will
appear in the analysis.

Notation. Let us denote by Qk the incidence matrix of the graph Gk and Q will denote the
n(T + 1)×

∑T
k=0 |Ek| block diagonal matrix where the blocks on the diagonal are the matrices Qk.

Similarly, we define the Laplacian at time t = k/T by Lk := QkQ
⊤
k and L will be defined as the

stacked Laplacian, which is the n(T + 1)× n(T + 1) block diagonal matrix with blocks Lk on the
main diagonal. We define, for λ > 0, the regularized Laplacian matrix L(λ) := L+ λE⊤E. Let us
also define notation for the eigenpairs of matrices CC⊤,MM⊤ and Lk.

10



• (λj , vj)
n
j=1 denotes the eigenpairs of CC⊤. Observe that vn = 1

n1n and (vj)
n−1
j=1 can be any

orthonormal basis of span(1n)
⊥. In addition, we have λj = n − 1 for 1 ≤ j ≤ n − 1 and

λn = 0.

• (µk, uk)
T
k=0 denotes the eigenpairs of MM⊤ (path graph on T + 1 vertices), with µ0 ≥ µ1 ≥

µ2 ≥ · · · ≥ µT−1 > µT = 0. Note that uT = span(1T+1).

• (αk,j , ak,j)
n
j=1 denotes the eigenpairs of Lk, with αk,1 ≥ αk,2 ≥ · · · ≥ αk,n = 0 for all k =

0, . . . , T .

Now, the estimator ẑ defined in (2.5) can be equivalently defined as a solution of

min
z∈Rn(T+1),
z⊤k 1n=0

∥∥∥Q⊤z − y
∥∥∥2
2
+ λ ∥Ez∥22 . (4.1)

For the unconstrained problem, the solutions of (4.1) satisfy

L(λ)z = Qy. (4.2)

The following lemma provides conditions under which the null space N (L(λ)) = span {ek ⊗ 1n}Tk=0

where e0, . . . , eT ∈ RT+1 is a canonical basis of RT+1.

Lemma 1. If the union graph GU := ([n],∪t∈T Et) is connected, it follows for any λ > 0 that
N
(
L(λ)

)
= span {ek ⊗ 1n}Tk=0. Here, e0, . . . , eT ∈ RT+1 is a canonical basis of RT+1.

The proof is outlined in Appendix A. It follows that if the union graph GU is connected, then
the estimator ẑ is given by the following solution of (4.2)

ẑ = L†(λ)Qy, (4.3)

which is uniquely defined and is orthogonal to span {ek ⊗ 1n}Tk=0 (in other words, ẑ is block-wise
centered). Furthermore, the ground truth z∗ satisfies by definition Lz∗ = Qx∗, which implies that
L(λ)z∗ = Qx∗ + λE⊤Ez∗. Since z∗ is block-wise centered, i.e., z∗ ⊥ N (L(λ)) due to Lemma 1,
hence it satisfies

z∗ = L†(λ)
(
Qx∗ + λE⊤Ez∗

)
. (4.4)

By (4.3), (4.4) and the triangle inequality, we arrive at the following bound

∥ẑ − z∗∥22 ≲ ∥L†(λ)Q(y − x∗)∥22 + λ2∥L†(λ)E⊤Ez∗∥22. (4.5)

The first term in the RHS of (4.5) is the variance term due to noise that will be controlled by a
large enough value of λ. The second term is the bias which depends on the smoothness of z∗, and
will be controlled by choosing λ to be suitably small. The optimal choice of λ will then achieve the
right bias-variance trade-off.

4.1 Warm-up: the non-evolving case

We will first analyze the case where the comparison graph is the same across all times, as this case
will serve as a foundation for our analysis of the time-evolving case. We will refer to this case as
non-evolving, which is formally defined by the following assumption (notice that this is different
from what we referred to previously as the static case, where T = 1).

11



Assumption 2 (Fixed and connected comparison graph). Let G0 be any connected graph on n
vertices, we assume that Gk = G0, for all k = 0, . . . , T .

Under Assumption 2, we have Lk = L0 and Qk = Q0, which implies that the matrices Q,L and
L(λ) can be written as

Q = IT+1 ⊗Q0,

L = IT+1 ⊗ L0,

L(λ) = IT+1 ⊗ L0 + λE⊤E.

Spectral decomposition of L(λ). In order to obtain an explicit spectral decomposition for
L(λ), we choose vj := a0,j (given that ak,j = a0,j we will simply write aj in the sequel) for all
j = 1, . . . , n − 1 as the eigenvector basis for Lcom := CCT . With this choice, and recalling that
E⊤E =MM⊤ ⊗ Lcom, the eigenpairs of E⊤E associated with nonzero eigenvalues are(

(n− 1)µk, uk ⊗ aj
)
j=1,··· ,n−1,k=0,··· ,T−1

.

Therefore each eigenvalue of the form (n− 1)µk has multiplicity n− 1. Observe that we have the
freedom to choose any orthonormal basis as the eigenbasis for IT+1, we opt for the basis given by
{uk}Tk=0, i.e., the eigenvectors of MMT . Hence, the eigenpairs of IT+1⊗L0 for nonzero eigenvalues
are given by

(αj , uk ⊗ aj)j=1,··· ,n−1,k=0,··· ,T .

Thus, the following decompositions hold.

E⊤E =

T−1∑
k=0

n−1∑
j=1

(n− 1)µk(uku
⊤
k ⊗ aja

⊤
j ), (4.6)

L =
T∑
k=0

n−1∑
j=1

αj(uku
⊤
k ⊗ aja

⊤
j ), (4.7)

L(λ) =

T−1∑
k=0

n−1∑
j=1

(αj + (n− 1)λµk)(uku
⊤
k ⊗ aja

⊤
j ) +

n−1∑
j=1

αj(uTu
⊤
T ⊗ aja

⊤
j ). (4.8)

From (4.8) we see directly that L(λ) has rank (n − 1)(T + 1) and that its nullspace is given by
span{uk ⊗ an}Tk=0 = span {ek ⊗ 1n}Tk=0. Given the above notations and setup, we can now present
the following bound on the estimation error.

Proposition 1. Take δ ∈ (0, e−1), then under Assumptions 1 and 2 it holds with probability larger
than 1− δ

∥ẑ − z∗∥22 ≤
( 1

α2
n−1

∨ 1
)
λST + σ2α1(1 + 4 log(1/δ))

( T−1∑
k=0

n−1∑
j=1

1

(αj + λ(n− 1)µk)2
+
n−1∑
j=1

1

α2
j

)
. (4.9)

The proof is detailed in Section 6.2.
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Choice of λ. The right hand side of the estimation error bound (4.5) can be regarded as the sum
of a bias and a variance term, representing an instance of the bias-variance trade-off phenomenon.
Proposition 1 gives an error bound where the dependence on λ (and the other parameters of the
problem) is explicit. The following lemma helps us further simplify the dependence on λ for the
variance term (second term in the RHS of (4.9)).

Lemma 2. We have
T−1∑
k=0

n−1∑
j=1

1

(αj + λ(n− 1)µk)2
≲
T
√
n− 1

α
3/2
n−1

√
λ

The proof is outlined in Section 6.1. Combining the results of Proposition 1 and Lemma 2, we
obtain

∥ẑ − z∗∥22 ≲ O
(
λST + σ2

T√
λ

)
+ σ2α1 log(1/δ)

n−1∑
j=1

1

α2
j

,

where we recall that the asymptotic notation O(·) hides the dependence on constants and all
parameters except for T and σ. It is easy to see that the optimal choice for λ (in terms of T, ST
and σ) is then given by

λ = argmin
λ′

λ′ST + σ2
T√
λ′
, (4.10)

which corresponds to λ = σ
4
3 ( TST

)2/3. The choice of λ given by (4.10) is well defined (there is a
unique minimizer) in the case where at least one of the terms ST and σ is non-zero. On the other
hand, for the case σ = ST = 0, the estimation error is zero for any choice of λ, as is clear from
Proposition 1. We will only consider the case when at least one of σ, ST is non-zero in the sequel.
Plugging this in (4.9) and using Lemma 2 we arrive at the following bound on the estimation error.

Theorem 1. Let δ ∈ (0, e−1). Under Assumptions 1 and 2, choosing λ = σ
4
3 ( TST

)2/3, it holds with
probability larger than 1− δ that

∥ẑ − z∗∥22 ≲ σ
4
3T

2
3S

1
3
T

( 1

α2
n−1

∨ 1 +
α1

√
n− 1

α
3/2
n−1

log (1/δ)
)
+ σ2α1 log (1/δ)

n−1∑
j=1

1

α2
j

.

The following corollary states the order of the estimation error under different smoothness
regimes.

Corollary 1. Assume that ST = O(T γ) for some γ < 1. If λ = σ
4
3 ( TST

)2/3, then it holds with high

probability that ∥ẑ − z∗∥22 = O(σ
4
3T

2+γ
3 ∨σ2). In particular,

∥ẑ − z∗∥22 =

{
O(σ

4
3T

2
3 ) if ST = O(1) and λ = σ

4
3T 2/3,

O(σ
4
3T

1
3 ) if ST = O( 1

T ) and λ = σ
4
3T 4/3.

4.2 Any sequence of connected graphs

We now treat the case where the comparison graphs Gk can differ from one another across time,
but we assume that Gk is connected for all k ∈ {0, . . . , T}. The main idea is to use the results
from Section 4.1 and the fact that the Laplacian of every connected graph can be bounded (in the
Loewner order) by the Laplacian of the complete graph, up to a scalar factor.
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A Loewner bound. If graph Gk is connected for all k ∈ {0, . . . , T}, then there exists a sequence
β0, · · · , βT of strictly positive real numbers such that

Lk ≽ βkLcom, (4.11)

where Lcom = CCT is the Laplacian matrix of Kn, the complete graph on n vertices, and Lk is the
Laplacian of the graph Gk. Notice that when Gk is connected, we can always choose βk(n− 1) to
be the Fiedler eigenvalue (the second-smallest eigenvalue2) of Lk. Denoting Dβ = diag(β0, . . . , βT ),
we have the following semi-definite bound for the stacked Laplacian L

L ≽ Dβ ⊗ Lcom ≽ min
0≤k≤T

βk · (IT+1 ⊗ Lcom) := min
0≤k≤T

βkL̃, (4.12)

which implies that

L(λ) ≽ (Dβ + λMMT )⊗ Lcom ≽
(

min
0≤k≤T

βk · IT+1 + λMMT
)
⊗ Lcom. (4.13)

Let βk = λmin(Lk)/(n − 1), where λmin(Lk) denotes the smallest nonzero eigenvalue of Lk. Then,

min0≤k≤T βk =
λmin(L)
n−1 , where λmin(L) is the smallest nonzero eigenvalue of L, and (4.13) implies

L(λ) ≽
( 1

n− 1
λmin(L) · IT+1 + λMMT

)
⊗ Lcom := L̃(λ). (4.14)

Using these observations, we arrive at the following error bound which is a generalization of Propo-
sition 1 to the general case of evolving graphs. Its proof can be found in Section 6.3.

Proposition 2. Assume that Gk is connected for all k = 0, . . . , T . Then under Assumption 1, the
estimator ẑ given by (2.5) satisfies with probability larger than 1− δ

∥ẑ − z∗∥22 ≲
1

λ2min(L)
λ2nST + σ2∥L∥2(1 + 4 log(1/δ))

( T−1∑
k=0

n− 1

(λmin(L) + (n− 1)λµk)2
+

n− 1

λ2min(L)

)
.

The main difference between the previous result and Proposition 1 is that here we obtain a
bound of order O(λ2ST ) for the bias term, while Proposition 1 gives a bound of order O(λST ) for
the same term. This will have an impact on the final error rate given in Theorem 2 below.

We choose λ by proceeding as in Section 4.1. Indeed, we obtain the bound

T−1∑
k=0

n− 1

(λmin(L) + (n− 1)λµk)2
≲

T
√
n− 1

λmin(L)3/2
√
λ

(4.15)

in the same manner as in (6.1). Plugging it in Proposition 2, we deduce λ = σ
4
5

(
T
ST

) 2
5 to be the

optimal choice. This then leads to the following theorem which corresponds to a formal version of
Theorem A.

Theorem 2. Under the assumptions of Proposition 2 and choosing λ = σ
4
5

(
T
ST

) 2
5 , it holds with

probability larger than 1− δ

∥ẑ − z∗∥22 ≲ σ
8
5T

4
5S

1
5
T

(
n

λ2min(L)
+

√
n− 1∥L∥2 log (1/δ)

λ
3/2
min(L)

)
+

(n− 1)∥L∥2σ2 log (1/δ)
λ2min(L)

.

2It is known for a fact that between all the connected graphs on n vertices, the one that has the smallest Fiedler
value is the path graph, which provides a lower bound of order n−2 on βk(n− 1), for all k ∈ {0, · · · , T}.
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Consequently, if ST = O(T γ) for some γ < 1, then ∥ẑ − z∗∥22 = O(σ
8
5T

4+γ
5 ∨σ2). In particular,

∥ẑ − z∗∥22 =

{
O(σ

8
5T

4
5 ) if ST = O(1) and λ = σ

4
5T 2/5,

O(σ
8
5T

3
5 ) if ST = O( 1

T ) and λ = σ
4
5T 4/5.

This theorem reveals the dependence on the parameters of the problem, up to absolute constants.
In terms of the notation introduced in the statement of Theorem A, we have

ΨLS

(
n, σ, δ

)
= σ

8
5

( n

λ2min(L)
+

∥L∥2
√
n− 1 log (1/δ)

λ
3/2
min(L)

)
,

Ψ′
LS

(
n, σ, δ

)
=

(n− 1)∥L∥2σ2 log (1/δ)
λ2min(L)

.

The error rates presented in Theorem 2 are not optimal and they do not match those obtained in
Theorem 1 for the case of non-evolving graphs. We believe that the correct bound for the square

error in this case should be, as in Theorem 1, of order O(T 2/3S
1/3
T ∨ 1). In particular, in the case

ST = O(1) we obtain a rate O(T 4/5) which should be O(T 2/3). As will be seen in the proof of
Proposition 2, the main technical difficulty to obtain what we believe to be the correct bound lies
in the fact that the Loewner ordering is not preserved after taking matrix squares, i.e., (4.14) does
not automatically imply L2(λ) ≽ L̃2(λ). On the other hand, under the following assumption on the
stacked Laplacian of the comparison graphs, we will obtain the same rate as in the non-evolving
case.

Assumption 3. There exists a constant κ > 1 such that for all λ > 0 it holds

1

κ

(
L2 + λ2(ETE)2

)
+ λ(ETEL+ LETE) ≽ 0. (4.16)

Altough technical in nature, we argue that Assumption 3 is reasonable and rather mild. Indeed,
notice that given any pair of symmetric matrices (not necessarily p.s.d) A,B of the same size we
have that 1

κ(A
2 + B2) + AB + BA ≽ 0 for any κ ≤ 1. Notice also that in the non-evolving case

we have that ETEL+ LETE ≽ 0 (as can be seen from (4.6) and (4.7)) which implies in that case
the stronger condition that (4.16) is satisfied for every λ > 0 and every κ > 1 (hence in particular
Assumption 3 holds). It is possible that Assumption 3 holds for an absolute constant κ > 1 for any
stacked Laplacian L of connected graphs Gk, but we are unable to prove it. The following theorem
shows that under Assumption 3 we obtain error rates that match those of Theorem 1.

Theorem 3. Under the hypotheses of Proposition 2, suppose that Assumption 3 holds. Then

choosing λ = σ
4
3

(
T
ST

) 2
3 , it holds with probability greater than 1− δ that

∥ẑ − z∗∥22 ≲
σ

4
3κ

κ− 1
T

2
3S

1
3
T

((
1

λ2min(L)
∨ 1

)
+

√
n− 1∥L∥2σ2 log (1/δ)

λ
3/2
min(L)

)
+

(n− 1)∥L∥2σ2 log (1/δ)
λ2min(L)

,

where κ := max
{
κ > 1 :

1

κ

(
L2 + λ2(ETE)2

)
+ λ(ETEL+ LETE) ≽ 0

}
.

Consequently, if ST = O(T γ) for some γ < 1, then ∥ẑ − z∗∥22 = O(σ
4
3T

2+γ
3 ∨ σ2). In particular,

∥ẑ − z∗∥22 =

{
O(σ

4
3T

2
3 ) if ST = O(1) and λ = σ

4
3T 2/3,

O(σ
4
3T

1
3 ) if ST = O( 1

T ) and λ = σ
4
3T 4/3.
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The proof of Theorem 3 mimics the argument used to prove Theorem 2. It follows from the
following bound, which is analogous to the bound in Proposition 2

∥ẑ − z∗∥22 ≤
κ

κ− 1

( 1

λ2min(L)
∨ 1
)
λST

+ σ2∥L∥2(1 + 4 log(1/δ))
( T−1∑
k=0

n− 1

(λmin(L) + (n− 1)λµk)2
+

n− 1

λ2min(L)

)
. (4.17)

Then using the bound in (4.15), the optimal choice for λ follows by an elementary calculation. The
bound (4.17) is proven by using the second statement of Lemma 5 (which controls the bias term),
and Lemma 6 is used to bound the variance term (which is unchanged with respect to Theorem 2).
These lemmas can be found in Section 6.3.

Remark 7 (Connectedness assumption). We believe that the analysis can likely be extended to the
setup where some of the graphs are disconnected (with the union graph GU being connected). The
main technical difficulty in this case comes from the fact that the Loewner bound (4.11) now does
not hold for a strictly positive βk for all k. If some of the βk’s in (4.11) are allowed to be 0, then
min0≤k≤T βk = 0 which renders the bound (4.13) to be not useful. In the proof of Lemma 6, we
need to have a good lower bound on the eigenvalues of L(λ) in order to bound Tr

(
L†2(λ)

)
, but this

appears to be very challenging. Moreover, while the first part of Lemma 5 will remain unchanged,
it is difficult to see how the second part of Lemma 5 can be adapted for this setup.

5 Projection method analysis

Let us now obtain bounds for the estimation error of the projection method. To prove Theorem
B, we will use an analogous scheme to Section 4, i.e., we build upon the non-evolving case, by
considering that all the comparison graphs are the same. Before proceeding, it will be useful to
introduce some notation specific to the projection approach that will be used in the analysis.

Notation. Let us define the following quantities.

• Lτ = {(k, j) ∈ {0, · · · , T} × [n] s.t λjµk≤τ}, where τ∈ [0,∞], corresponds to the indices
for the low-frequency part of the spectrum of ETE. Note that when τ = 0, it corre-
sponds to the indices for the nullspace of ETE. On the other hand, when τ = ∞, we
have L∞ = {0, · · · , T} × [n].

• Hτ = {0, · · · , T} × [n] \ Lτ corresponds to the indices for the high-frequency part of the
spectrum.

• Vτ = span{uk⊗aj}(k,j)∈Lτ
is the linear space spanned by the low frequency eigenvectors. PVτ

is the projection matrix for Vτ .

• PV⊥
τ

is the projection matrix for the orthogonal complement of Vτ , i.e., V⊥
τ .

The previous definitions help formalize the description of ẑ in (2.6) and we can write, in matrix
notation,

ž = L†Qy and ẑ = PVτ ž.

Notice that N (E⊤E) ⊂ Vτ and ž ⊥ ek ⊗ 1n for each k. This then implies that

ẑ = PVτ ž ⊥ (ek ⊗ 1n), k = 0, . . . , T,
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which means that ẑ is block-wise centered. Now the latent strength vector z∗ is given as the solution
of the linear system Lz = Qx∗ with z∗ assumed to be block-centered. If each Gk is connected, then
z∗ is uniquely given by

z∗ = L†Qx∗.

Therefore, since
z∗ = PVτ z

∗ + PV⊥
τ
z∗ = PVτL

†Qx∗ + PV⊥
τ
z∗,

we obtain the following expression for the estimation error

∥ẑ − z∗∥22 = ∥PVτL
†Q(y − x∗)∥22 + ∥PV⊥

τ
z∗∥22. (5.1)

The first term in the RHS of (5.1) is the variance term due to noise that will be controlled by
choosing τ to be suitably large. The second term is the bias which depends on the smoothness of
z∗ and will be controlled by choosing τ to be sufficiently small. Hence the optimal choice of τ will
be the one which achieves the right bias-variance trade-off.

Remark 8 (Connectedness assumption). The assumption that each Gk is connected enables us to
uniquely write the block-centered z∗ as z∗ = L†Qx∗. In case some of the graphs were disconnected,
then it is not necessary that L†Qx∗ satisfies the smoothness condition in Assumption 1, even though
it is a solution of Lz = Qx∗. It is unclear how to proceed with the analysis in this case, and we
leave it for future work.

5.1 Non-evolving case

The following theorem provides a tail bound for the estimation error of the projection method
under Assumption 2 (non-evolving case).

Theorem 4. For any δ ∈ (0, e−1) and τ ≥ 0, it holds under Assumptions 1 and 2 that with
probability at least 1− δ

∥ẑ − z∗∥22 ≲ ST

(1
τ
∧ 1

(n− 1)µT−1

)
+ α1σ

2 log (1/δ)

T + 1

π

√
τ

n− 1

n−1∑
j=1

1

α2
j

+
n−1∑
j=1

1

α2
j

 .

The proof is detailed in Section 6.4. We now show how to optimize the choice of the regular-
ization parameter τ .

Choice of τ . Consider the case ST = 0 first. From Theorem 4, it is clear that, in that case, the
optimal choice is to set τ to zero. On the other hand, notice that Theorem 4 can be written using
asymptotic notation (hiding all the parameters except for T and σ) as

∥ẑ − z∗∥22 = O
(ST
τ

+ σ2T
√
τ
)
,

and hence the optimal choice of τ is given by τ = σ−
4
3

(
ST
T

) 2
3
. Notice that when σ = 0 and ST ̸= 0,

the optimal choice is τ = ∞, which gives a zero error as expected. In the case σ = ST = 0,
the estimation error is also zero as is obvious from the bound above. Below, we focus on the
interesting case where at least one of σ, ST is non-zero. The following result then follows directly
from Theorem 4.
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Corollary 2. Choosing τ = σ−
4
3

(
ST
T

) 2
3
, then for any δ ∈ (0, e−1), it holds with probability greater

than 1− δ that

∥ẑ − z∗∥22 ≲ σ
4
3T

2
3S

1
3
T

(
1 +

log (1/δ)

π
√
n− 1

n−1∑
j=1

α1

α2
j

)
+ σ2 log (1/δ)

n−1∑
j=1

α1

α2
j

.

Consequently, if ST = O(T γ) for some γ ≤ 1, then ∥ẑ − z∗∥22 = O(σ
4
3T

2+γ
3 ∨σ2). In particular,

∥z̃ − z∗∥22 =

{
O(σ

4
3T

2
3 ) if ST = O(1) and τ = σ−

4
3T−2/3,

O(σ
4
3T

1
3 ) if ST = O( 1

T ) and τ = σ−
4
3T−4/3.

5.2 Any sequence of connected graphs

Similar to the analysis for the least-squares approach in Section 4.2, we will use the semi-definite
bound (4.12) to pass from the case of non-evolving graphs to the case where the graphs can differ
(but are connected). Given the bound in the Loewner order (4.12), we see that the role played
by the eigenpairs (αj , aj) in Section 5.1 is now replaced by the eigenpairs of the Laplacian of the
complete graph. Information about the comparison graphs is also encoded in the scalar min0≤k≤T βk
(or in λmin(L)), where βk(n− 1) is equal to the Fiedler eigenvalue of Lk. The following bound for
the estimation error is analogous to Theorem 4 and Corollary 2, and formalizes the statement of
Theorem B.

Theorem 5. Assume that Gk is connected for all k ∈ {0, . . . , T} and let λmin(L) be the smallest
nonzero eigenvalue of L. Then for any δ ∈ (0, e−1) and τ ≥ 0, it holds under Assumption 1 and
with probability larger than 1− δ that

∥ẑ − z∗∥22 ≲ ST

(
1

τ
∧ 1

(n− 1)µT−1

)
+

(T + 1)σ2 log (1/δ)

π

√
τ

n− 1

∥L∥2
λ2min(L)

+ σ2 log (1/δ)
∥L∥2
λ2min(L)

.

(5.2)

Choosing τ = σ−
4
3

(
ST
T

)2/3
leads to the bound

∥ẑ − z∗∥22 ≲ σ
4
3T

2
3S

1
3
T

(
1 +

log (1/δ)

π
√
n− 1

∥L∥2
λ2min(L)

)
+ σ2 log (1/δ)

∥L∥2
λ2min(L)

. (5.3)

Thus, if ST = O(T γ) for some γ ≤ σ2, then ∥z̃ − z∗∥22 = O(σ
4
3T

2+γ
3 ∨1). In particular,

∥ẑ − z∗∥22 =

{
O(σ

4
3T

2
3 ) if ST = O(1) and τ = σ−

4
3T−2/3,

O(σ
4
3T

1
3 ) if ST = O( 1

T ) and τ = σ−
4
3T−4/3.

In terms of the notation introduced in Theorem B, we have

ΨProj

(
n, σ, δ

)
= σ

4
3

(
1 +

log (1/δ)

π
√
n− 1

∥L∥2
λ2min(L)

)
,

Ψ′
Proj

(
n, σ, δ

)
= σ2 log (1/δ)

∥L∥2
λ2min(L)

.
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6 Proofs

6.1 Proof of Lemma 2

Using the fact that αj ≥ αn−1 for all j ∈ {1, · · · , n − 1}, and the explicit form of the non-zero
eigenvalues of the path graph on T + 1 vertices (see for e.g. [4])

µk = 4 sin2
(T − k)π

2(T + 1)
, k = 0, . . . , T − 1;

we have that

T−1∑
k=0

n−1∑
j=1

1

(αj + λ(n− 1)µk)2
≤ (n− 1)

T∑
k=1

1

(αn−1 + 4λ(n− 1) sin2 kπ
2(T+1))

2
(6.1)

The last term in the previous inequality can be regarded as a Riemannian sum, and as such it can
be bounded by an integral as follows

1

T + 1

T∑
k=1

1

(αn−1 + 4λ(n− 1) sin2 kπ
2(T+1))

2
≤
∫ 1

0

dx

(αn−1 + 4λ(n− 1) sin2 πx2 )2
.

Let us focus on the integral term, for which the following bound holds∫ 1

0

dx

(αn−1 + 4λ(n− 1) sin2 πx2 )2
(1)
= 2

∫ 1
2

0

dx

(αn−1 + 4λ(n− 1) sin2 πx)2

(2)

≤ 2

∫ 1
2

0

dx

(αn−1 + λ(n− 1)π2x2)2

(3)
=

2

πα
3/2
n−1

√
λ(n− 1)

I
(π
2

√
λ(n− 1)

αn−1

)
,

where I(t) =
∫ t
0

du
(1+u2)2

. Equality (1) comes from a change of variables. In (2), we used that

sinx ≥ x/2 for all x ∈ [0, π/2] and (3) results from the change of variable u =
√

λ(n−1)
αn−1

πx. By an

elementary calculation, we verify that I(t) = arctan t
2 + t

2(1+t2)
. Hence,

∫ 1

0

dx

(αn−1 + 4λ(n− 1) sin2 πx)2
≤ 1

α
3/2
n−1

arctan(π2

√
λ(n−1)
αn−1

)

π
√
λ(n− 1)

+
1

2(α2
n−1 +

π2

2 αn−1(n− 1)λ)

≲
1

α
3/2
n

√
(n− 1)λ

+
1

α2
n−1 +

π2

4 αn−1(n− 1)λ
,

where the last inequality follows from | arctan(x)| ≤ π
2 for all x ∈ R. From this, we deduce that

T−1∑
k=0

n−1∑
j=1

1

(αj + λ(n− 1)µk)2
≲
T
√
n− 1

α
3/2
n−1

√
λ

+
T (n− 1)

α2
n−1 + αn−1(n− 1)λ

= T (n− 1)

(
1

αn−1

√
αn−1(n− 1)λ

+
1

α2
n−1 + αn−1(n− 1)λ

)

≲
T (n− 1)

αn−1

√
αn−1(n− 1)λ

=
T
√
n− 1

α
3/2
n−1

√
λ
.

19



6.2 Proof of Proposition 1

The proof of Proposition 1 follows from Lemmas 3 and 4 below.

Lemma 3 (Bound on the variance term). For any δ ∈ (0, e−1), it holds with probability larger than
1− δ that

∥L†(λ)Q(y − x∗)∥22 ≤ σ2α1(1 + 4 log(1/δ))
( T∑
k=0

1

(αj + λ(n− 1)µk)2
+

n−1∑
j=1

1

α2
j

)
.

Proof. Define Σ := (L†(λ)Q)⊤L†(λ)Q = Q⊤L†2(λ)Q. Using [20, Thm.2.1], it holds for any c > 1

∥L†(λ)Q(y − x∗)∥22≤ σ2(Tr(Σ) + 2
√
Tr(Σ2)c+ 2∥Σ∥2c)

≤ σ2(1 + 4c) Tr(Σ) (6.2)

with probability 1−e−c (using the fact that Tr(Σ2) ≤ ∥Σ∥2Tr(Σ) ≤ (Tr(Σ))2). On the other hand,

Tr(Σ) = Tr(QQ⊤L†2(λ)) ≤ ∥QQ⊤∥2Tr(L†2(λ))

where we used the fact that given symmetric p.s.d matrices A,B it holds Tr(AB) ≤ ∥A∥2Tr(B).
From the spectral decomposition of L(λ) (given by (4.8)) we deduce that

Tr(L†2(λ)) =
T−1∑
k=0

n−1∑
j=1

1

(αj + λ(n− 1)µk)2
+
n−1∑
j=1

1

α2
j

.

Using
∥∥QQ⊤∥∥

2
= α1 and c = log(1/δ) concludes the proof.

Lemma 4 (Bound on the bias term). We have

λ2∥L†(λ)E⊤Ez∗∥22 ≤
( 1

α2
n−1

∨ 1
)
λST .

Proof. From (4.6) and (4.8) it is easy to see that

λ2∥L†(λ)E⊤Ez∗∥22 =
T−1∑
k=0

n−1∑
j=1

( λ(n− 1)µk
αj + λ(n− 1)µk

)2
⟨z∗, uk ⊗ aj⟩2.

On the other hand, the smoothness condition in Assumption 1 can be written as

∥Ez∗∥22 =
T−1∑
k=0

n−1∑
j=1

(n− 1)µk⟨z∗, uk ⊗ aj⟩2 ≤ ST .

Defining bk :=
∑n−1

j=1 ⟨z∗, uk ⊗ aj⟩2 and using that α1 ≥ · · · ≥ αn−1 > 0 we obtain

λ2∥L†(λ)E⊤Ez∗∥22 ≤
T−1∑
k=0

( λ(n− 1)µk
αn−1 + λ(n− 1)µk

)2
bk,

λ∥Ez∗∥22 =
T−1∑
k=0

λ(n− 1)µkbk ≤ λST .

We now conclude using the following elementary fact with c = λ(n− 1)µk and d = αn−1.
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Claim 1. Let c, d be strictly positive real numbers, then( c

d+ c

)2
≤
( 1

d2
∨ 1
)
c.

Proof. We have two cases. For c ≥ 1, we have
(

c
d+c

)2
< 1 and

(
1
d2

∨ 1
)
c ≥ 1, so the inequality is

verified. In the case c < 1, we have( c

d+ c

)2
≤ c2

d2
≤ c

d2
≤
( 1

d2
∨ 1
)
c.

6.3 Proof of Proposition 2

Using (4.14), the proof of Proposition 2 goes along the same lines as that of Proposition 1. It
follows directly from Lemmas 5 (the first statement) and 6 below, which offer a control of the bias
and the variance term, respectively.

Lemma 5. The following is true.

1. It holds that

λ2∥L†(λ)ETEz∗∥22 ≲
λ2n

λ2min(L)
ST .

2. If Gk is connected for all k = 0, · · · , T and L satisfies Assumption 3, then for all λ > 0 we
have

λ2∥L†(λ)ETEz∗∥22 ≲
κ

κ− 1

( 1

λ2min(L)
∨ 1
)
λST

where

κ := max
{
κ > 1 s.t

1

κ

(
L2 + λ2(ETE)2

)
+ λ(ETEL+ LETE) ≽ 0

}
.

Proof. We have

λ2∥L†(λ)ETEz∗∥22 ≤ λ2∥L†(λ)ET ∥22∥Ez∗∥22
≤ λ2∥L†(λ)∥22∥ET ∥22∥Ez∗∥22

≲
λ2n

λ2min(L)
ST

where in the first inequality we used the submultiplicativity of the operator norm and in the last
step we used that ∥ET ∥22 ≲ n, ∥Ez∗∥22 ≤ ST by the smoothness assumption, and ∥L†(λ)∥22 ≤ 1

λ2min(L)
.

This proves the first statement.
To prove the second part, we assume that Assumption 3 holds and κ is the largest value for

which it holds. From this it follows that

(L+ λETE)2 ≽
κ− 1

κ

(
L2 + λ2(ETE)2

)
≽
κ− 1

κ

(
λ2min(L)

(n− 1)2
L̃2 + λ2(ETE)2

)
,
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where in the last inequality we used (4.12) with min0≤k≤T βk = λmin(L)
n−1 and the fact that the

eigenvectors of L and L̃ are aligned (because L̃ = IT+1 ⊗ Lcom and the eigenvector of Lcom can be
aligned with those of any Laplacian). Since λ > 0, then by recalling Lemma 1, one can verify that
(L + λETE)2 and L̃2 + λ2(ETE)2 have the same null space. This in turn implies (using Lemma
11) that

κ

κ− 1

(
λ2min(L)

(n− 1)2
L̃2 + λ2(ETE)2

)†
≽ (L+ λETE)†2 = L†2(λ).

Now arguing similarly to the proof of Lemma 4, we have

∥L†(λ)ETEz∗∥22 = z∗TETEL†2(λ)ETEz∗

≤ κ

κ− 1
z∗TETE

(
λ2min(L)

(n− 1)2
L̃2 + λ2(ETE)2

)†
ETEz∗,

(1)
=

κ

κ− 1

T−1∑
k=0

n−1∑
j=1

λ2(n− 1)2µ2k
λ2min(L) + λ2(n− 1)2µ2k

⟨z∗, uk ⊗ aj⟩2

(2)

≤ κ

κ− 1

( 1

λ2min(L)
∨ 1
) n−1∑
j=1

λ(n− 1)µk⟨z∗, uk ⊗ aj⟩2,

(3)

≤ κ

κ− 1

( 1

λ2min(L)
∨ 1
)
λST

where in (1) we used the known spectral expansion of L̃ and ETE, in (2) we used Claim 1 (used

in the proof of Lemma 4) with the fact that c2

c2+d2
≤
(

c
c+d

)2
for c, d > 0, and in (3) we used the

smoothness assumption.

When the comparison graphs are not necessarily the same, Lemma 3 is replaced by the following
lemma.

Lemma 6. For any δ ∈ (0, e−1), it holds with probability greater than 1− δ that

∥L†(λ)Q(y − x∗)∥22 ≤ σ2∥L∥2(1 + 4 log(1/δ))
( T−1∑
k=0

n− 1

(λmin(L) + (n− 1)λµk)2
+

n− 1

λ2min(L)

)
.

Proof. Reasoning as in the proof of Lemma 3 (using [20, Thm. 2.1]) we obtain with probability at
least 1− δ that

∥L†Q(y − x∗)∥2 ≤ σ2(1 + 4 log(1/δ)) Tr
(
LL†2(λ)

)
. (6.3)

Recall from (4.14) that L(λ) ≽ L̃(λ), hence we deduce that

Tr
(
LL†2(λ)

)
≤ ∥L∥2Tr

(
L†2(λ)

)
≤ ∥L∥2Tr

(
L̃†2(λ)

)
.

Since L̃†(λ) =
(

1
n−1λmin(L)IT+1+λMM⊤)⊗Lcom, it is easy to verify that the nonzero eigenvalues

of L̃(λ) correspond to the set {λmin(L) + λµk(n − 1)}T−1
k=0 ∪ {λmin(L)}, and each eigenvalue has

multiplicity n− 1. Hence,

Tr
(
L̃†2(λ)

)
=

T−1∑
k=0

n− 1

(λmin(L) + λµk(n− 1))2
+

n− 1

λ2min(L)
.

Plugging this into (6.3), the result follows.
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6.4 Proof of Theorem 4

The proof of Theorem 4 follows directly from the two lemmas below.

Lemma 7. If z∗ is such that ∥Ez∗∥22 ≤ ST , and τ ≥ 0 then ∥PV⊥
τ
z∗∥22 ≤ ST (

1
τ ∧ 1

(n−1)µT−1
).

Proof. By Parseval’s identity,

∥PV⊥
τ
z∗∥22 =

∑
(k,j)∈Hτ

⟨z∗, uk ⊗ aj⟩2.

On the other hand,

∑
(k,j)∈Hτ

(n− 1)µk⟨z∗, uk ⊗ aj⟩2 ≤
T−1∑
k=0

n−1∑
j=1

(n− 1)µk⟨z∗, uk ⊗ aj⟩2 = ∥Ez∗∥22 ≤ ST ,

where we used the fact µk ≥ 0 in the first inequality, and the assumption ∥Ez∗∥22 ≤ ST in the
second inequality. We first assume that τ > 0. Since (n− 1)µk ≥ τ for all (k, j) ∈ Hτ , we deduce
that

∥PV⊥
τ
z∗∥22 ≤

ST
τ
.

On the other hand, we have the following inequalities

(n− 1)µT−1∥PV⊥
τ
z∗∥2 ≤ ∥EPV⊥

τ
z∗∥2 ≤ ∥Ez∗∥2 ≤ ST ,

from which the lemma follows.

Lemma 8. For any δ ∈ (0, e−1), it holds with probability greater than 1− δ

∥PVτL
†Q(y − x∗)∥22 ≤ 2σ2α1(1 + 4 log (1/δ))

T + 1

π

√
τ

n− 1

n−1∑
j=1

1

α2
j

+
n−1∑
j=1

1

α2
j

 .

Proof. Define
Σ := (PVτL

†Q)⊤PVτL
†Q = Q⊤L†PVτL

†Q.

Using [20, Thm.2.1], we have for all c > 1 and with probability larger than 1− e−c that

∥PVτL
†Q(y − x∗)∥22 ≤ σ2(1 + 4c) Tr(Σ). (6.4)

By the cyclic property of the trace, it holds that

Tr(Σ) = Tr(QQ⊤L†PVτL
†) ≤ ∥QQ⊤∥2Tr(L†PVτL

†), (6.5)

using the same property of p.s.d matrices as in the proof of Lemma 3. On the other hand,

PVτ =
∑

(k,j)∈Lτ

(uk ⊗ aj)(uk ⊗ aj)
⊤ and L† =

T∑
k=0

n−1∑
j=1

1

αj
(uk ⊗ aj)(uk ⊗ aj)

⊤.

Recall that Lτ = {(k, j) ∈ {0, · · · , T} × [n] s.t λjµk≤τ} can be written as L1 ∪ L2, where

L1 = {k = 0, · · · , T − 1 s.t (n− 1)µk≤τ} × [n− 1],

L2 = {(k, j) ∈ {0, · · · , T} × [n] s.t λjµk = 0} = ({T} × [n]) ∪ ({0, . . . , T} × {n}).
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Thus,

PVτL
†2 =

∑
(k,j)∈L1

1

α2
j

(uk ⊗ aj)(uk ⊗ aj)
⊤+

n−1∑
j=1

1

α2
j

(1T ⊗ aj)(1T ⊗ aj)
T .

and we obtain the expression

Tr(PVτL
†2) =

(
|{k = 0, · · · , T − 1 s.t (n− 1)µk≤τ}|+1

)
×
n−1∑
j=1

1

α2
j

. (6.6)

Recall that µk = 4 sin2 (T−k)π
2(T+1) for k = 0, . . . , T − 1 and define the set

A := {k = 0, · · · , T − 1 s.t 4(n− 1) sin2
(T − k)π

2(T + 1)
≤τ}.

Now since sinx ≥ x/2 for x ∈ [0, π/2], we know that

sin2
(T − k)π

2(T + 1)
≥ (T − k)2π2

16(T + 1)2
.

This in turn implies that |A| can be bounded as

|A| ≤
∣∣∣∣{k = 1, . . . , T : 4(n− 1)

π2k2

16(T + 1)2
≤τ
}∣∣∣∣

≤ min

{
T,

2(T + 1)

π

√
τ

n− 1

}
≤ 2

(
T + 1

π

)√
τ

n− 1
.

Using this in (6.6), we obtain

Tr(PVτL
†2) ≤ 2

(
T + 1

π

)√
τ

n− 1

n−1∑
j=1

1

α2
j

+
n−1∑
j=1

1

α2
j

.

Combining this with (6.4) and (6.5), the result follows by taking c = log (1/δ).

6.5 Proof of Theorem 5

We first observe that Lemma 7 works under Assumption 1 and hence applies verbatim in this
context. We now formulate a result analogous to Lemma 8 dropping the assumption that all the
graphs are the same and using the semi-definite bound (4.12).

Lemma 9. Assume that Gk is connected for all k = 0, . . . , T and let βk(n − 1) be the Fiedler
eigenvalue of Lk. For any δ ∈ (0, e−1), it holds with probability larger than 1− δ

∥PVτL
†Q(y − x∗)∥22 ≤ 2σ2

∥L∥2
min0≤k≤T β

2
k

(1 + 4 log (1/δ))

(
T + 1

π(n− 1)

√
τ

n− 1
+

1

n− 1

)
.
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Proof. Let Σ := (PVτL
†Q)⊤PVτL

†Q = Q⊤L†PVτL
†Q and recall that y − x∗ is subgaussian with

parameter σ. Using [20, Thm.2.1] we obtain for any c > 1 that with probability larger than 1− e−c

∥PVτL
†Q(y − x∗)∥22≤ σ2(Tr(Σ) + 2

√
Tr(Σ2)c+ 2∥Σ∥2c)

≤ σ2(1 + 4c) Tr(Σ) ≤ σ2(1 + 4c)∥QQ⊤∥2Tr(L†PVτL
†), (6.7)

where to pass from the first line to the second line we used the fact that c > 1 and Tr(Σ2) ≤
∥Σ∥2Tr(Σ) ≤ (Tr(Σ))2. Notice that up until this point, the proof does not change with respect to
the proof of Lemma 8. Recall from (4.12) that L̃ = IT+1 ⊗ Lcom and L ≽ (min0≤k≤T βk)L̃. Since
the eigenvectors of L, L̃ are aligned (because the eigenvector of Lcom can be aligned with those of
any Laplacian), it follows that

1

min0≤k≤T β
2
k

L̃†2 ≽ L†2. (6.8)

Using (6.8) and the fact that PVτ is a projection matrix, we obtain

Tr(L†PVτL
†) = Tr(PVτL

†2) ≤ 1

min0≤k≤T β
2
k

Tr(PVτ L̃
†2). (6.9)

where the second inequality follows from (6.8) and the fact that Tr(AB) ≥ 0 if A,B ≽ 0. We also
have that

PVτ L̃
†2 =

∑
(k,j)∈L1

1

(n− 1)2
(uk ⊗ aj)(uk ⊗ aj)

⊤

hence proceeding in a manner similar to the proof of Theorem 4 leads to the bound

Tr(PVτ L̃
†2) =

(
|{k = 0, · · · , T − 1 s.t (n− 1)µk≤τ}|+1

)
× 1

n− 1

≤ 2
T + 1

π(n− 1)

√
τ

n− 1
+

1

n− 1
.

Combining this with (6.7) and (6.9), the result follows.

Proof of Theorem 5. The first inequality of Theorem 5 follows directly from Lemmas 7 and 9.
Inequality (5.2) follows by choosing τ as in Section 5.1. The rest of the proof is a direct consequence
of the previous result.

7 Experiments

We now empirically evaluate the performance of the proposed methods on both synthetic and real
data. The code for all the experiments is available at https://github.com/karle-eglantine/

Dynamic_TranSync.

7.1 Synthetic data

Generate the ground truth z∗. The first step is to generate the true weight vector z∗ such
that it satisfies Assumption 1, for different regimes of ST . Let us recall that this assumption can
be written as

∥Ez∗∥22 = z∗⊤E⊤Ez∗ ≤ ST
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which implies that z∗ lies close to the null space of E⊤E, as quantified by ST . Hence, one possibility
to simulate z∗ is to project any vector onto a space Vε generated by the eigenvectors associated
with the smallest eigenvalues of E⊤E. Likewise, Vε contains the null space of E⊤E and a few more
eigenvectors, depending on ST . For ε > 0, let us define

Lε := {(k, j) ∈ {0, . . . , T} × [n] s.t. λjµk≤ε} ,

then Vε = span{uk ⊗ aj}(k,j)∈Lτ
. Using similar tools as in the proof of Theorem 4, it can be shown

that

|Lε| ≤ T + n+

√
(n− 1)ε(T + 1)

π
.

Hence, we can compute a value of ε such that any vector belonging to Vε satisfies Assumption 1.

More precisely, choosing ε =
(

πST

(T+1)
√
n−1

)2/3
, it then holds that for any z ∈ Rn(T+1) such that

∥z∥2 = 1,
∥EPVεz∥

2
2 ≤ ST ,

where PVε denotes the projection matrix onto the space Vε. The synthetic data is then generated
as follows.

1. Generate z ∼ N (0, In(T+1)) and normalize it such that ∥z∥2 = 1.

2. Compute kε = ⌈T + n +
(

T+1
(n−1)π

)2/3
S
1/3
T ⌉ eigenvectors of E⊤E, corresponding to its kε

smallest eigenvalues.

3. Compute z∗ = PVεz.

4. Center each block z∗k, k = 0, . . . , T .

Generate the observation data. The observations consist of comparison graphs Gt for t ∈ T
and the associated measurements yij(t) for each edge {i, j} ∈ Et.

1. For each t ∈ T , Gt is generated as an Erdös-Renyi graph G(n, p(t)), where the probability
p(t) is chosen appropriately, as described in Figs. 1, 2 and 3. Meaningful recovery of z∗ is
only possible if the union of all the graphs is connected, hence we ensure the connectivity of
GU = (n,∪t∈T Et).

2. For all t ∈ T and {i, j} ∈ Et, we generate a noisy measurement yij(t) of the strengths difference
z∗t,i − z∗t,j as in (2.1), using a standard Gaussian noise.

Once the true weights and the observations are generated, one can easily implement our methods
using traditional least-squares solvers. In our experiments, we use the least-squares solver lsqr

from the scipy package of Python. Note that in both of our methods, there is a tuning parameter –
λ for the Penalized Least-Squares (denoted as DLS later) and τ for the Projection method (denoted
DProj). Throughout, we choose λ = (T/ST )

2/3 and τ = (ST /T )
2/3.

Dynamic BTL set up. As noted in Remark 1, the Dynamic TranSync model is linked to
the Dynamic BTL model. Hence, we will also test numerically the performances of our methods
on synthetic data generated according to the BTL model. The ground truth w∗ = exp(z∗) is
generated similarly as in the Dynamic TranSync setup, as well as the observation graphs. However
the measurements yij(t) are now generated according to the Dynamic BTL model (see [26] for

26



more details). In this particular setup, we will compare the performance of our methods with
two other approaches that focus on dynamic ranking for the BTL model, namely, the Maximum-
Likelihood Estimation (MLE) method [2] and the Dynamic Rank Centrality (DRC) method [26].
These methods have shown optimal results when the strength of each item is a Lipschitz function
of time, which translates to ST = 1

T in our set up. More generally, the regime of interest in our
smoothness assumption is ST = o(T ).

(a) Smoothness ST = 1
T

(b) Smoothness ST = 1√
T

(c) Smoothness ST =
√
T (d) Smoothness ST = O(1)

Figure 1: MSE versus T for DLS and DProj when the data is generated according to the
Dynamic TranSync model for n = 100 and graphs are generated as G(n, p(t)) with p(t)

chosen randomly between 1
n and log(n)

n . The results are averaged over the grid T as well
as 40 Monte Carlo runs.

Results. The results are summarized below.

1. In Figure 1, we consider n = 100 items and T ranging from 10 to 200, where the data is
generated according to the Dynamic TranSync model. The estimation errors are averaged
over 40 bootstrap simulations and plotted for different regimes of smoothness ST . We observe
that in every case, DLS and DProj methods give very similar results. As expected, the MSE
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decreases to zero as T increases in every smoothness regime. Note that the variance of the
error, represented by the vertical bars, is also decreasing with T .

2. In Figure 2, we repeat the same experiments using data simulated according to the Dynamic
BTL Model, and compare our results with the DRC and MLE methods for ST = 1

T and
ST = 1√

T
. For both smoothness choices, DLS seems to be the best performing method as its

MSE goes to zero at the fastest rate.

3. As a sanity check, we also show in Figure 3 that our methods perform better than the naive
least-squares (LS) approach that simply estimates the strength vector individually on each
graph Gk. In this case, one needs to impose connectivity on each graph in order to obtain
meaningful results using LS. Figure 3 shows that as expected, the MSE is constant with T
for the LS method. This illustrates that even when all the graphs are connected, dynamic
approaches are better suited to recover the strengths and/or ranking of a set of items.

4. We show in Figure 4 the influence of the sparsity of the input graphs on the estimation.
We generate input graphs as G(n, p) for different values of p and observe that the MSE
increases with the sparsity for the DLS method. The Projection method however has a
similar performance for all sparsity levels.

5. In Figure 5, we show that the optimal values for the hyperparameters λ and τ derived the-
oretically are also numerically optimal. Indeed for both methods, the MSE is close to its
minimum for these choices of parameters.

(a) Smoothness ST = 1
T

(b) Smoothness ST = 1√
T

Figure 2: MSE versus T for DLS, DProj, DRC and MLE when the data is generated
according to the BTL model for n = 100, and graphs are G(n, p(t)) with p(t) chosen

randomly between 1
n and log(n)

n . The results are averaged over the grid T as well as 40
Monte Carlo runs.

7.2 Real data

We now provide empirical results on two real data sets – the Netflix Prize data set [24], and Premier
League results from season 2000/2001 to season 2017/2018 [12]. In order to assess the performance
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(a) Smoothness ST = 1
T

(b) Smoothness ST =
√
T

Figure 3: Evolution of estimation errors with T for Least-Squares, DLS and DProj method
when the synthetic data are generated according to the Dynamic TranSync model for

n = 100 and the graphs are generated as G(n, p(t)) with p(t) = log(n)
n . In particular, we

ensure that the individual graphs are all connected. The results are averaged over the grid
T as well as 20 Monte Carlo runs.

(a) DLS Method (b) DProj Method

Figure 4: Evolution of estimation errors with T for DLS and DProj method when the
synthetic data are generated according to the Dynamic TranSync modelfor n = 100 and
the graphs are generated as G(n, p) for different choices of p. In particular, we ensure that
the individual graphs are all connected. The results are averaged over the grid T as well
as 20 Monte Carlo runs.

of our algorithms, we will compute the number of upsets as well as the mean squared error3 (MSE)
for each method. The number of upsets is defined as the number of pairs for which the estimated
preference is different from the observation. More precisely, denoting ẑ to be the estimator of the

3With a slight overload of notation, we use the term MSE here although it is not the same quantity as in (1.3).
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(a) Performance of DLS (b) Performance of DProj

Figure 5: Performance of our methods for different values of hyperparameter, with n =
100, T = 200 and σ = 1. We highlight in red on the x-axis the optimal values of parameter

computed theoretically, λ = σ4/3
(

T
ST

)2/3
for the DLS and τ = σ−4/3

(
ST

T

)2/3
for DProj.

strengths (for any method),

Number of upsets :=
∑
t∈T

∑
{i,j}∈Et

1sign(yij(t)) ̸=sign(ẑt,i−ẑt,j).

The MSE is defined using the vector of observations y and the estimated strength vector ẑ as

MSE =
1

T + 1

∑
t∈T

∑
{i,j}∈Et

(yij(t)− (ẑt,i − ẑt,j))
2 .

The tuning parameters λ, τ will be chosen using the cross validation procedure described below.

Cross Validation Procedure.

1. Fix a list of possible values of λ (resp. τ).

2. For every possibles value of λ (resp. τ), repeat several times the steps below.

• For each time t, select randomly a measurement yij(t) at time t. Let us denote (it, jt)
the selected pair of items at time t. We denote Ytest = {yit,jt(t) | t ∈ T } to be the set
containing this data and Itest = {(t, it, jt) | t ∈ T } to be the set of corresponding indices.

• Consider the data set where the data in Ytest have been removed. Compute the estimator
ẑ on this smaller data set.

• Compute the prediction error for both performance criteria

– MSE:
1

T + 1

∑
(t,it,jt)∈Itest

(yit,jt − (ẑit(t)− ẑjt(t)))
2.

– Mean number of upsets :
1

T + 1

∑
(t,it,jt)∈Itest

1sign(yitjt (t)) ̸=sign(ẑt,it−ẑt,jt ).
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MSE Upsets

λ∗ 131.48 157.89
τ∗ 0.42 0.37

(a) Cross-validation results

MSE Upsets

LS 3573 0.4954
DLS 3040 0.4984
DProj 3025 0.4976

(b) Performance of the three estimation methods

Table 1: Cross-validation and performance for the chosen parameters for the Netflix
dataset. We use the MSE and the mean number of Upsets as our performance criteria.

We compute the mean of those errors for each value of the parameter λ (resp. τ).

3. Select λ⋆ (resp. τ⋆) which minimizes the mean prediction error.

4. Proceed to the estimation with the chosen parameter λ⋆ (resp. τ⋆).

Netflix Prize data set. Netflix has provided a data set containing anonymous customer’s ratings
of 17770 movies between November 1999 and December 2005. These ratings are on a scale from 1
to 5 stars. From those individual rankings, we need to form pairwise information that satisfies the
Dynamic Transync model (2.1). Denoting si(t) to be the mean score of movie i at time t, computed
as the mean rating given to this movie at time t among the customers, we then define for all pair
of movies {i, j} rated at time t

yij(t) = si(t)− sj(t). (7.1)

For computational reasons, we choose a subset of 100 movies to rank. We can then use our
estimation methods to recover each movie’s quality (and then their rank) at any month between
November 1999 and December 2005. In order to denoise the observations, we gather the data
corresponding to successive months such that all the graphs of merged observations are connected.
The merged dataset is then composed of T = 23 observation graphs. The associated observations
yij(t) are computed in a similar manner as (7.1), using the mean score of the movies across the
corresponding merged time points and the customers. For this dataset of merged movies, the cross
validation step gives two different values of parameters (λ∗, τ∗) for the two different performance
criteria we consider, presented in Table 1a. Using λ∗, τ∗, we then perform the estimation using
the naive Least-Squares (LS) approach as well as our two methods, namely DLS and DProj, and
compute in both cases the MSE and the mean number of upsets. The results are presented in Table
1b. We note that the mean number of upsets is essentially similar for all the methods, indicating
that none of the methods is better than the other for this criteria. However, DLS and DProj
improve the performance of the estimation in terms of the MSE criterion.

English Premier League dataset. This dataset is composed of all the game results from the
English Premier League from season 2000-2001 to season 2017-2018. These 18 seasons involve
n = 43 teams in total, each season seeing 20 teams confront each other across 38 rounds. The
observations are the mean scores of the games between a pair of teams within the same season.
Similar to the Netflix dataset, we can group the game results from successive seasons, resulting in
T = 9 observation graphs. Let us denote Tk to be the set of time-points gathered to form the graph
Gk. For each Gk, the corresponding observations are defined for each pair of teams {i, j} ∈ Ek as

yij(k) =
1

|Tk|
∑
t∈Tk

(si(t)− sj(t)),
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MSE Upsets

λ∗ 24.49 32.65
τ∗ 6.43 5.57

(a) Cross-validation results

MSE Upsets

LS 0.0024 0.67
DLS 0.0015 0.57
DProj 0.0014 0.58

(b) Performance of the three estimation methods

Table 2: Cross-validation and performances for those chosen parameters for the Premier
League dataset. We use the MSE and the mean number of Upsets as our performance
criteria. Performance results are presented for the simple LS, DLS and DProj methods.

where si(t) denotes the mean number of goals scored by team i against team j during the season
t. In this case, merging the data does not lead to individual connectivity of the graphs, because
of the promotion and relegation of teams at the end of each season. However, the union of all
these graphs is connected. As for the Netflix dataset, we perform a cross-validation step to choose
the best parameters (λ∗, τ∗), in regards to the performance criterion we consider (MSE or Mean
number of upsets). The results of the cross validation are presented in Table 2a. Then, we perform
our estimation for these chosen values of the parameters for DLS and DProj. Note that as the
individual graphs are not connected, the naive LS method will not give interpretable results,and
is only included here for comparison with our methods. As shown in Table 2b, DLS and DProj
perform better than LS both in terms of MSE or in Mean number of upsets. Specifically, the
number of upsets is improved by 10% with our methods.

Smoothness of the real data sets. Our methods rely on the underlying smoothness of the
data. However, with real data sets, the ground truth vector z∗ is unknown, thus making it difficult
to check whether this assumption is satisfied. In order to verify that our data sets are fit for our
methods, one can define, as a proxy, an “empirical ground-truth” vector

z∗,empt,i :=
1

|Nt,i|
∑
j∈Nt,i

yij(t),

where Nt,i denotes the set of neighbors of node i in the graph Gt. For some items that have been
compared at all times, we plot the evolution of z∗,empt,i in Figure 6. This figure shows that despite

some jumps, the overall evolution of z∗,empt,i is reasonably smooth.

8 Concluding remarks

In this paper we considered the problem of estimating the latent strengths of a set of n items
from noisy pairwise measurements in a dynamic setting. In particular, we proposed a dynamic
version of the TranSync model [21] by placing a global smoothness assumption on the evolution of
the latent strengths. We proposed and analyzed two estimators for this problem and obtained ℓ2
estimation error rates for the same. Experiment results on both synthetic data and real data sets
were presented.

Some interesting directions for future work are as follows.

1. Disconnected graphs. As previously discussed in Remarks 7 and 8, we believe that our analysis
can be extended to the case where some of the individual graphs are disconnected. It will be
interesting to analyze this setup in detail with corresponding error bounds.
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Figure 6: Evolution of the strengths for real data sets

2. Lower bound. Our analysis focuses on upper bounds on the estimation error, however it will
be interesting to derive lower bounds for the dynamic TranSync model which showcase the
optimal dependence on n, T and ST .

3. Dynamic BTL model. Finally, an interesting direction would be to theoretically analyze the
performance of the proposed estimators for the dynamic BTL model (recall Remark 1). The
main difficulty in this regard is that the noise in the measurements is not zero-mean anymore,
and it is not easy to see how such a noise term can be handled to give meaningful error bounds.
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A Proof of Lemma 1

Proof. Recall that (λi, vi)
n
i=1 denote the eigenpairs of CC⊤ with λ1 ≥ · · · ≥ λn−1 > λn its eigenval-

ues. Since CC⊤ = nI − 11⊤ we know that vn = 1n and {vi}n−1
i=1 is any orthonormal basis for the

space orthogonal to span(1n). Also recall that (µk, uk)
T
k=0 denote the eigenpairs of MM⊤ where

uT = 1T+1. Now the eigenvectors of E⊤E that have eigenvalue zero are

• uT ⊗ vj = 1T+1 ⊗ vj for j = 1, . . . , n− 1, and

• uk ⊗ vn = uk ⊗ 1n for k = 0, . . . , T .

Note that {uk ⊗ 1n}Tk=0 lie in N (L+ λE⊤E) and

span {uk ⊗ 1n}Tk=0 = span {ek ⊗ 1n}Tk=0 .

Since L+ λE⊤E is p.s.d, we have that N (L+ λE⊤E) = span{ek ⊗ 1n}Tk=0 iff

x⊤(LṼ + λE⊤E)x > 0, ∀x (̸= 0) ∈ span⊥ {ek ⊗ 1n}Tk=0 . (A.1)

As the orthogonal complement of span {ek ⊗ 1n}Tk=0 is given by

span⊥ {ek ⊗ 1n}Tk=0 = span {1T+1 ⊗ vj}n−1
j=1 ⊕N⊥(E⊤E)

we claim that (A.1) translates to establishing that

x⊤Lx > 0, ∀x (̸= 0) ∈ span {1T+1 ⊗ vj}n−1
j=1 . (A.2)

To prove this claim, we begin by writing any x ∈ span⊥ {ek ⊗ 1n}Tk=0 as x = x̃ + x′ where x̃ ∈
span {1T+1 ⊗ vj}n−1

j=1 and x′ ∈ N⊥(E⊤E). Then if x ̸= 0,

x⊤(L+ λE⊤E)x = x⊤Lx+ λx′⊤E⊤Ex′

=

{
x̃⊤Lx̃ ; if x′ = 0,

> 0 (since λ > 0) ; if x′ ̸= 0,

which establishes the claim since at least one of x̃, x′ ̸= 0.
To prove (A.2), we first observe that x⊤(L+λE⊤E)x = x⊤Lx, for any x ∈ span {1T+1 ⊗ vj}n−1

j=1 .
Since v1, . . . , vn−1 is any orthonormal basis for the subspace orthgonal to 1n, we set x = 1T+1 ⊗ v
for any v(̸= 0) lying in that subspace. This gives us

x⊤Lx =
∑
t∈T

v⊤Ltv = v⊤

(∑
t∈T

Lt

)
v.

Now,
∑

t∈T Lt is the Laplacian of the union graph GU . Since
∑

t∈T Lt has rank n − 1 iff GU is
connected (which is true by assumption), we arrive at (A.2).

B Useful technical results

To make our paper self-contained, we recall below two useful and standard results regarding the
Löwner ordering. The proof of the next lemma has been adapted from [13].
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Lemma 10. Let A,B be two N ×N symmetric positive definite matrices, such that B ≽ A. Then,
it holds A−1 ≽ B−1.

Proof. Given that B ≽ A, it is easy to see that A−1/2(B − A)A−1/2 ≽ 0, which is equivalent to
A−1/2BA−1/2 ≽ I. Assuming A and B are N ×N matrices, let us write the spectral expansion

A−1/2BA−1/2 =
N∑
i=1

µiuiu
⊤
i .

Noticing that I =
∑N

i=1 uiu
⊤
i , and given the fact A−1/2BA−1/2 ≽ I it is clear that µi > 1 for all i,

which implies that

I =
N∑
i=1

uiu
⊤
i ≽

N∑
i=1

µ−1
i uiu

⊤
i = A1/2B−1A1/2.

On other hand, using this Loewner inequality, we deduce that

B−1 = A−1/2(A1/2B−1A1/2)A−1/2 ≼ A−1/2IA−1/2 = A−1

The proof of the following lemma is outlined in [25].

Lemma 11. Let A,B be two N × N symmetric positive semidefinite matrices satisfying B ≽ A
and N (A) = N (B). Then it holds A† ≽ B†.

Proof. If A,B are invertible, the result follows direclty from Lemma 10. If they are not, assume that
their nullspace N (A) has dimension d ≥ 1 and their range has dimension N − d. Let {v1, · · · , vd}
be any orthonormal basis of N (A). It is easy to see that A+

∑d
i=1 viv

T
i is invertible, and the same

is true for B +
∑d

i=1 viv
T
i . Given B +

∑d
i=1 viv

T
i ≽ A+

∑d
i=1 viv

T
i , we use Lemma 10, to deduce

A† +
d∑
i=1

viv
T
i = (A+

d∑
i=1

viv
T
i )

−1 ≽ (B +
d∑
i=1

viv
T
i )

−1 = B† +
d∑
i=1

viv
T
i ,

where for the first and last equality we used the orthogonality of the range of A (B has the same
range) with respect to the nullspace. From this, the result follows.

C Additional simulations

Eigenvalues of L(λ). The theoretical analysis of the smoothness penalized estimator relies on
the knowledge of the eigenvalues of L(λ) and how they differ from the eigenvalues of L. We show
in Figure 7 the variations of the eigenvalues of these matrices for different choices of λ. We verify
experimentally that the addition of a penalty term increases part of the spectrum, which is at the
base of our theoretical analysis.

Simulation for n ≫ T . Figure 8 shows the evolution of the MSE for n = 200 and T varying
between 10 and 50. We observe that even in the case n ≫ T , the estimation error goes to 0 as T
increases. However, the errors are slightly bigger than in the case n≪ T , which is consistent with
the theoretical error bounds we presented in this paper.
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(a) Eigenvalues of L (b) Eigenvalues of L(λ)

Figure 7: Histogram of eigenvalues of L and L(λ) for different values of λ = cλ

(
T
ST

)2/3
,

for T = 200 and n = 100. The addition of the penalty term increases the eigenvalues.

(a) Smoothness ST = 1
T

(b) Smoothness ST = 1√
T

Figure 8: MSE versus T for DLS and DProj for n≫ T . Here n = 200, T goes from 10 to
50 and data is generated according to the Dynamic TranSync model. Graphs are generated

as G(n, p(t)) with p(t) chosen randomly between 1
n and log(n)

n . The results are averaged
over the grid T as well as 20 Monte Carlo runs.
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