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Adaptive Reduced-Rank Minimum
Symbol-Error-Rate Receive Processing for
Large-Scale Multiple-Antenna Systems
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Abstract—In this work, we propose a novel adaptive reduced-
rank receive processing strategy based on joint preprocesgy,
decimation and filtering (JPDF) for large-scale multiple-antenna
systems. In this scheme, a reduced-rank framework is empleyg
for linear receive processing and multiuser interference gppres-
sion based on the minimization of the symbol-error-rate (SR)
cost function. We present a structure with multiple processg
branches that performs a dimensionality reduction, where ach
branch contains a group of jointly optimized preprocessingand
decimation units, followed by a linear receive filter. We the
develop stochastic gradient (SG) algorithms to compute the
parameters of the preprocessing and receive filters, alongith a
low-complexity decimation technique for both binary phaseshift
keying (BPSK) and M-ary quadrature amplitude modulation
(QAM) symbols. In addition, an automatic parameter selectbn

scheme is proposed to further improve the convergence per-

formance of the proposed reduced-rank algorithms. Simulabn
results are presented for time-varying wireless environmets and

large-scale antenna arrays can substantially increasy $tem
capacity and improve the quality and reliability of wiredes
links via beamforming and spatial multiplexing [10]. The
problem of detecting a desired user's signal in a multiuser
large-scale multiple-antenna system presents many sigoal
cessing challenges, including: the need for algorithmh e
ability to process large-dimensional received data vecfast

and accurate adjustment of system parameters, scalable com
putational complexity and the development of cost-effecti
interference mitigation schemes.

Adaptive techniques are among the most commonly used
approaches to continually adjust the receiver weights &r d
tecting a desired signal, while coping with changes in tligora
signal environment and reducing computational complexity
[11]. However, one problem for the standard, i.e. full-rank

show that the proposed JPDF minimum-SER receive processing adaptive algorithms is that their convergence performance

strategy and algorithms achieve a superior performance tha
existing methods with a reduced computational complexity.

Index Terms—Adaptive algorithms, minimum-SER, reduced-
rank techniques, large-scale multiple-antenna systems.

I. INTRODUCTION

deteriorates rapidly with an increase in the eigenvalueapr

of the received data covariance matrix, as measured by its
condition number[[12]-[15] This situation is usually worse
when a filter with a large number of adaptive weights is em-
ployed to operate on large-dimensional received data x&cto
In this context, reduced-rank signal processing has redeiv
significant attention in the past years and it has become a key

The use of large-scale multiple-antenna systems, as in etgchnique for application to large adaptive systems, sihce
massive multiple-input multiple-output (MIMO) communicacan provide faster training, better tracking performancd a
tions, has become a highly popular approach to support théreased robustness against interference as compareahto s
efficient and flexible multiple access schemes needed in i#igd methods. The reduced-rank technique projects the-larg
next generation of wireless cellular, local aréa [1]-[6]Jdandimensional received data vector onto a lower dimensional

multibeam satellite networks|[5]. In this context, a keylgem

subspace and performs the filtering optimization withirs thi

that has been receiving significant attention is the design subspace. A number of reduced-rank algorithms have been
efficient and flexible space-time processing techniqueset ideveloped to design the subspace projection matrix and the
receiver side. Space-time processing can be used to sepawgduced-rank receive filter [12]-[80]. Among the first sclesm
signals transmitted in the same frequency band, and previdge the eigendecomposition-based (EIG) algoritims [Z] [

a practical means of supporting multiple users throughepagnd the multistage Wiener filter (MSWF) investigated[in! [14]

division multiple access [7]-[9]. Indeed, systems equippéh
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[15]. EIG and MSWF have fast convergence speed, but their
computational complexity is relatively high. A strategysbd
on the joint and iterative optimization (JIO) of a subspace
projection matrix and a reduced-rank receive filter has been
reported in [[21]{[26], whereas algorithms using joint pep

1 In the current context of multi-user transceiver desigruped-rank
techniques were primarily meant to reduce the complexitynaf-adaptive
full-rank algorithms [[16] and increase the speed of adaptparameter
estimation tasks. While the computational complexity ofliae full-rank
adaptive algorithms such as stochastic gradient (SG) balgedithms (e.g.,
least-mean square (LMS) and its variations) is relativalyalf they are
characterized by extremely slow convergence in these cgtigins, as will
be illustrated in Sectioh V1. The main problem of intereserefore, is how
to design low-complexity reduced-rank algorithms to iasethe convergence
speed and tracking performance in the presence of largerdiional filters.
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cessing, decimation and filtering (JPDF) schemes have begthat all component filters have a small number of parareeter
considered in[[27]:[32]. and yet can ensure the effectiveness of MSER-type methods.
ghorder to further improve the convergence performancheft

However, most of the contributions to date are either bas 4 algorith Iso devel .
on the minimization of the mean square error (MSE) and/or tREOPOSed algorithms, we also develop an automatic paramete

minimum variance criteria [11]-[32], which are not the mos’felection scheme to determine the lengths of the preprocess

appropriate metrics from a performance viewpoint in dlgit{'rmd the reduced-rank receive filter.

communications where a standard measure of transmissior] ' proposeq reduced-rgnk MSER"]PDF te(_:hnlque can op-
reliability is the symbol-error-rate (SER) rather than MSEETate as a receive-processing fro_n;-end which is much simpl
Transceiver design approaches that can minimize the S h a zero forcing (ZF) or minimum mean square error
have been reported inl[7]. [33-[39] and are termed adapti MSE) filter. It can be combined with other interference

minimum-SER (MSER) techniques. It is also well known thdtancellation algorithms and offers a significantly betterfer-
MSER algorithms lose their advantage when working wit ance than the matched filter. A detailed analysis of the SG-

large filters and that the use of reduced-rank techniques Ed addapti\:je MSkER algorithm for.updati.ng the parameterfs
speed up their training. The work i [38] appears to be t the reduced-rank JPDF structure is carried out in terms o

first approach to devise a reduced-rank algorithm with ﬂfj)mputational complexity and convergence behavior. Insim

MSER criterion. However, the resulting scheme is a hybri§f@tions over multipath time-varying fading channels, fine-
between an EIG or an MSWF approach, and a SER sche ed MSER-JPDF receive processing strategy and adaptive

in which only the reduced-rank receive filter is adjustea gorithms _exhibitaperformance much superior to thatbf_fu_
in an MSER fashion. The recently reported work in 1[40 ank adaptive techniques. Furthgrmore, compared t(_) ryisti
investigates a novel adaptive reduced-rank strategy based .SE_R—based reduced—rankalgorlt_hms, the new algorlthms ca
JIO of the receive filters according to the MSER criteriorﬁ'gnmcanﬂy reduce the (_:om_putatlona_l complexity and slp_ee
The performance results verify that the MSER-JIO reduceldP the training. The contributions of this paper are sumpeati
rank algorithm outperforms the MSER-EIG and the MSERES follows:

MSWF reduced-rank algorithms. A limitation of the work in 1) A novel MSER reduced-rank scheme that incorporates
[40] is that the subspace projection matrix might contaieryv the JPDF structure is proposed for multiuser large-scale
large number of parameters in large-scale multiple-artenn multiple-antenna systems.

systems, which increases the cost and impacts the traifiing d) For each branch of the JPDF structure, we develop
the receiver. To the best of our knowledge, these existinggsvo adaptive SG algorithms to update the preprocessing and
on MSER techniques have not addressed the key problem of receive filters for BPSK and QAM symbols according
performance degradation experienced when the filters becom  to the MSER criterion.

larger and their convergence is slow compared to that of MSEL) We also propose a selection mechanism for choosing
based techniques. the optimal branch corresponding to the minimum Eu-

clidean distance and present a low-complexity design
for the decimation unit.

An automatic parameter selection scheme is proposed
to further increase the convergence performance of the
proposed reduced-rank algorithms.

For the proposed algorithms, we perform a detailed per-
formance analysis in terms of computational complexity

In this work, we propose a new adaptive reduced-rank
receive processing front-end for multiuser large-scaléipie-
antenna systems that incorporates the joint preprocessing
decimation and filtering (JPDF) structure adaptively ojtad
on the basis of the MSER criterion. The proposed schem )
employs a multiple-branch structural framework, whereheac
branch contains a preprocessing filter, a decimation urdt an and convergence.
a linear reduced-rank receive filter. It constitutes a ganer . .
receive front-end which can be combined with several IinearThe paper is structured as follows. Sectloh Il briefly de-

and nonlinear receiver architecture, but with the key athge scribes the system model and t_hg problem s_tatement, while
y ge JPDF reduced-rank scheme is introduced in Sectibmill. |

of requiring a much smaller set of adaptive parameters f . .
its adjustment. The dimensionality reduction is carried o ectiorllV, the proposed adaptive MSER-JPDF reduced-rank

; , A : Igorithms are developed to efficiently update the prem®ce
by the preprocessing filter and the decimation unit. Aftét9°! 0
d?/mensic?na?ity reducgon, a linear receive filter with regd M9 filter and the reduced-rank receive filter for both BPSKd an

dimensionality is applied to suppress the multiuser ieterf QAM symbols. The analysis of computational complexity and

ence and provide an estimate of the desired user’s Symb&%nvergence behavi_orfor Fhe proposed algorithms is_ccmduc_:
The final decision is generated among the branch estimqﬁ?egt'oﬂ' Th_e simulation res.ults are presented in Sectio
according to the minimum Euclidean distance between while conclusions are drawn in Section V1.

training symbol and the output of each filtering branch. At

each time instant, the preprocessing filter and the reduced- !l SYSTEM MODEL AND PROBLEM STATEMENT

rank receive filter are optimized based on the MSER criterionWe consider the uplink of a large-scale multiple-antenna
using the given decimation unit for each branch. We devisgstem with X' mobile users and a base station comprised
stochastic gradient (SG) algorithms to compute the pammetof L identical omnidirectional antenna elements, whérés

of the preprocessing and receive filters along with a love large integer and{ < L. The signals from the& users
complexity decimation technique for both binary phasetshifire modulated and transmitted over multipath channelsr aft
keying (BPSK) symbols and\/-ary quadrature amplitude which they are received and demodulated by the base station.
modulation (QAM) symbols. A unique feature of our schemin this work, the propagation effects of the multipath chelan



hio 0 (4) o hiewp, -1 (i)
_ hiewo(i — 1) . hiewr, (i — 1)
H, (i) = ) § @)

hrwoli—P+1) ... hkyr,—1(i—P+1)

are modeled by finite impulse response (FIR) filters with The full-rank beamforming receiver design is equivalent
coefficients. We assume that the channel can vary over a blackdetermining an FIR filtew (i) with LP coefficients that
of transmitted symbols and that the receivers remain piyfecprovide an estimate of the desired signal as

synchronized with the main propagation path. . o
The demodulated signal received at theh antenna element bo(i) = Q{w" (i)r(i)}, (5)

and i-th time instant, after applying a filter matched to the o . .
signal waveform and sampling at symbol rate, is expressed $pereQ{.} represents the quantization operation for the given
constellation andw(i) = [wo,...,wrp_1]T € CLP*1 is

) ) ) ) the complex weight vector of the receive filter. However,
(i) = kz_:o 2—:0 P @b (=) £ (), v €40, L=1} yne dimensionality ofw(i) can become excessive for large
- (1) antenna-array systems, which leads to computationally in-

wherehy, ,, (i) is the sampled impulse response between udensive implementati(_)ns and _slow convergence performance
k and receive antenna for path € {0,..., L, — 1}, bx(i) When full-rank adaptive algorithms are employed|[12]-[15]
are the data symbols of usere {0,..., K—1}, andn, (i) are The reduced-rank schemes, which process the receivedrvecto
samples of white Gaussian noise. By collecting the samphg) in two stages, have been proposed to overcome these
of the received signal and organizing them in a window dimitations [12]-[26]. The first stage performs a dimensibty

P symbols for each antenna element, we obtainttiex 1 reduction by projecting the large dimensional data veetoy
received vector as onto a lower dimensional subspace. The second stage isatarri
_ o ' out by a reduced-rank receive filter. The output of a reduced-
r(i) = H(i)b(i) + n(i). (2)  rank scheme is given by

In this expressionr(i) = [l (i),...,r%_,(i)]" contains the b (i) = OLwH (NSH (el — OfwH ()E(i 6
signals that are collected by the antennas, theP” x 1 0(0) = AUWT(HSp ()r(D)} = AFTET@}, - (6)
vector r,, (i) = [r,(i),...,r,(i — P + 1)]”, contains the whereSy (i) denotes anLP x D projection matri§ which
S'agrr]‘igles dtri]r?ttoa;e \g’é!{%‘r:te.?hg(g‘elh Lantenln)a aqu%rCE;'[O?r'is applied to the received vector to extract the most im-
gal T T P x portant information from the data by performing dimen-
b(i) = [b(i),....b (1) is composed of the datasionalit reduction, wherel < D LP, and w(i) =
symbols that are transmitted from ttié users, withby (i) = - y redt T Dxl < ’ A

. S -~ T hai . [@o, W1, ..., 0p-1]" € C denotes the reduced-rank re-
[b(3),...,bx(¢ — (P + L, — 2))]* being thei-th block of )r Ly : )
transmitted symbols with dimensiofi® + L, — 1) x 1. The Celve filter. In K_E), for convenience, th® x 1 projected
LP x K(P + L, — 1) channel matrixH(i) is expressed as received vector is denoted as

Hoo(i)  Hoa(i) ... Hox-1(i) t(i) = SP(i)r(). )
HLO(Z) H171(Z) e HLK71(Z)

K—1Lp—1

H(®i) = (3) The basic problem in implementing the MSER reduced-
C o o rank receive processing scheme is how to effectively devise

Hi10() Hr-1a() oo Hioix-1() the projection matrixS p (i) and the reduced-rank receive filter

where theP x (P + L, — 1) matricesH,, (i) are given by w(i). In the following sections, we propose and investigate a

@). Specifically, let us assume that the sequence of tratesini new structure and adaptive algorithms for on-line estiomati

symbols by thek-th users, i.e.px(i), are independent andof these quantities based on the minimization of the SER cost

identically distributed (i.i.d) random variables drawmrfr a function [7], [33]-[39].

given symbol set. In this work, BPSK andi/-ary square

QAM symbol constellations are adopted, although exterssion |||, PRoPOSEDMSER-JPDF RDUCED-RANK LINEAR

to other types of constellations are possible. For the BPSK RECEIVE PROCESSINGSCHEME

case, the symbols (i) are uniformly drawn from{-£1}. For In this section, we detail the proposed MSER-JPDF

the M-ary square QAM case, the symbols are uniformly drawn i : . .
from {F, + jF, : 1 < m,n < M}, where integen is a reduced-rank linear receive processing scheme. Apart fihem

perfect square and we defifig — 21— /A — 1. Without loss conventional reducedjrank_ techniques, the most dwe_dmmiet
: X . to reduce the dimensionality of the received vector is to-dec
of generality, we index the desired user/as= 0. The term

n(i) € CEPX1 is an additive noise vector, which is assumeimate its content, i.e., to retain a subset of its elemenitewh
. ) L ! : discarding the rest. However, this approach may entail & los
to be Gaussian, spatially white, independent over timeh wit .. . ;
f information and therefore result in poor convergence per
formance. To overcome this problem, the proposed technique

zero-mean and covariance matfin(i)n* (i)] = oI, where
o denotes the variancé,is an identity matrix of dimension rﬁirst performs a linear preprocessing operation on the vedei

LP, and (.)¥ stands for the Hermitian transpose operation.
The transmitted Symb_OIS from the different users and theenoi 2|n this paper, projection simply refers to a linear transfation from a
vectors are mutually independent. space of large dimensiohP to a space of smaller dimensid.



Dimensionality Reduction

vector, then the output of the preprocessor is handled by a  ------==-5--===-———-—- N A
decimator, followed by a reduced-rank receive filter [23R][ ! ot ,:(>| T, )_—L{>| ") %)

With the aid of the linear preprocessing, essential infdioma r(i): . : ! : N
conveyed by the input signals can be preserved in the lower——

|
: . I .
. : | :
dimensional data vector operated upon by the reduced-rank i A : | A
| 0] }:{>| T,, : e KU
l /

receive filter. Since wireless channels tend to vary rapidly

and the determination of the optimal decimator is prohiblti

complex due to the need for an exhaustive search, we propose daptive JPDFMSER

to create several branches of preprocessing, decimatidn an Reduced-Rank Algorithm

reduced-rank receive filters based on a number of different

fixed decimators [27]. For a given branch, the preprocessir &y 1. sqructure of the proposed MSER-JPDF scheme

the reduced-rank receive filter are jointly designed adogrd

to the MSER criterion. The final symbol estimate is generated

among the outputs of the multiple filtering branches acewydi projects#,(i) onto the D x 1 vector F;(i), where D is the

to the minimum Euclidean distance criterion. rank of T;. Specifically, theD x 1 vector¥,(i) for the I-th
branch is given by

(i) = TPH (i) r(i) = Ty (i) = TIRG)p;(6)  (11)
N—_——

S3,.(0)

A. Overview of the MSER-JPDF Scheme

We design the subspace projection ma8ix(i) by consid-
ering preprocessing and decimation. In this case, thewecei

filter length is substantially decreased (i.8.< L), which in  \yhere S, (i) denotes the equivalent subspace projection
turn significantly reduces the computational complexityl annatrix. The output of the reduced-rank receive filter(i)

leads to very fast training for large-scale multiple-am@n corresponding to théth branch is given by
systems. The proposed MSER-JPDF scheme for the desired

user is depicted in Figl1. TheP x 1 received vector(i) is wo(i) = Wi ()F(i) (12)
processed by a parallel structure con5|st|ngj_9)fora}nches, which is used in the minimization of the error probability fo
where each branch contains a preprocessing filter and[ a

L : S hat branch.
decimation unit, followed by a reduced-rank receive filtar. As seen from Fig[I1, the proposed scheme emplBys
the I-th branch,l € {0,...,B — 1}, the received vector is gLt Prop P

operated by the preprocessaii) — [po.s(i). ... pr—1.1(i)]” parallel branches of preprocessors, decimators and eeceiv

with length I < LP. The output of the preprocessor on thé"t.ers' The optimum _branch 'S s_elected _at.:cordmg to the
. minimum Euclidean distance criterion, that is:
I-th branch is expressed as

%,(i) = P (i)r(3) ®) lopt =arg min  |bo(i) - wo(0)l, (13)

where theL P x L P Toeplitz convolution matri®P, (i) is given Wwhere|.| represents the magnitude of a complex scalar and
byd bo(i) refers to a known sequence of training symbols trans-
mitted by the desired user and available at the receiver side
The output of the MSER-JPDF is given by

bo(i) = Q{ag™ (i)} = QW ()F,,. ()} (14)

opt

po.1(1) 0
: Po,1(7)

Pi(i) = pl’al(l) y ©) We can claim that more branches will result in better
pr-1.(7) performance for the proposed algorithm. However, consider

: : . : the affordable complexity, we have to configure the alganith

0 0 oo p0a(7) with the number of branches as small as possible and yet

achieve a satisfactory performance. As will be shown in the

simulation results, the proposed MSER-JPDF reduced-rank

algorithm with the number of branche$ set to4 offers an

attractive tradeoff between performance and complexity.

oo o O

In order to facilitate the description of the scheme, we dbesc
the vectori; (i) as a function of the preprocessor vecpo(7)
and an input data matriR(¢) as follows:

F.() = PP (i)r(i) = R()p] (0 (10)

where(.)* stands for the element-wise conjugate operation afd Pesign of the Decimation Unit
the LP x I matrix R(¢) is obtained from the received samples In this work, the elements of the decimation matrix only
r(i) = [rf(@i),...,rE_,(4)]T and has a Hankel structuretake the valued or 1, which corresponds to the decimation
shown in [27], [32] and([41]. unit simply keeping or discarding its samples. The optimal
The dimensionality reduction is performed by a decimatiotlecimation scheme exhaustively explores all possiblespat
unit implemented as @ x LP decimation matrixT; that which selectD samples out of. P samples. In this case, the
design can be viewed as a combinatorial problem where the
3 Space-time processing is used in the current setting dusttv inter-  total number of patterns iB = LP(LP—1) (LP—D+1)
symbol and multiuser interferences. In this case, thesafarences can be h . | deci . h o | ’ f
jointly suppressed by jointly processing the received align the temporal Howgver, the optimal decimation sc em? IS too complex for
and spatial domain$ [24]_[31]. practical use and several low-complexity approaches such



as the uniform decimation, the pre-stored decimation amterference (ISI) symbolsg(i—u'), wherey € {1,..., P+
the random decimation have been investigaled [28]] [27], — 2}. Then, we define a set:

Among these approaches, the pre-stored decimation psovide =0 =1 S N1

a suboptimal solution to generate simple and yet effective A ={b%b’,....b } (19)

decimation matrices. In this work, we therefore use the lowghich contains all possible transmitted symbol vectorsizé s
complexity pre-stored method, in which tliéh decimation K (P+L,—1)x1 for a givenb(i). The noise-free component

matrix is formed as of the reduced-rank receive filter corresponding to ith
T :
T, = [ to ti1 ... tipi ] , lefo,....B—1} branch takes its value from the set
15)  y=(zk = wH(H)TPEGOHGED : 0<g< N, — 1
where theL P x 1 vectort, 4 is composed of a singlé and {7 v TPy (HH( = 4= (}20)
LP —10s, as given by whereb? € X. Based on the Gaussian distribution for the

tia=10,...,0,1, 0,...,0 ", de{0,...,D—1} (16) additive noise i_n [@) and _assuming an equiprobable model
' for the NV, possible transmit vectorb?, we can express the
vd LP—vi,a=1 probability density function (PDF) for the real part of the
and v 4 is the number of zeros before the non-zero entrieduced-rank receive filter output corresponding to Hie
Hence, each row of decimation matri, is all zero but for branch, conditioned on the desired symbg(:), as

one entry which is set ta; furthermore, we require that the _ 1

ones in different row occupy different positions. Speclfiga  fi(z[bo(i)) = : : : :

we set the values af; ; in a deterministic way, which can be NbU\/QW"_VfI(l)TleH(l)Pl(l)TfHV_Vl(l)

expressed as Ny—1 lo—R[z )2 (21)
q=0

where [.] represents the floor function, which returns thgnare :—ng € ). In practice, the PDF of the reduced-
largest integer that is smaller than or equal to its arguniéT® 5 receive filter output should be estimated using kernel
simulation results will show that the proposed MSER-JPDfesity estimatior [88] based on a block of experimenta.dat
reduced-rank scheme with the above suboptimal decimatigBecifically, givenJ observations of the array output vector,
scheme performs very well. denoted as” wherev € {0,1,...,J — 1}, a kernel estimate

of the true PDF is given by
IV. PROPOSEDADAPTIVE ALGORITHMS

In this section, we introduce the proposed adaptive MSER-/1(z[bo()) = s
JPDF reduced-rank algorithms. In particular, we devela th JP\/27TV_V1H(i)TlP{i(i)Pl(i)TﬁV_Vl(i)
MSER-based adaptive algorithms to update the preproagssin j—1 o= Rz )2 (22)
filter p;(¢) and the reduced-rank receive filter (i) for each x Z e P OTPIGOPOT W 6)
branch. Note that the subspace projection introducef iy (11 =0

. . - H . .
is linear and hence, the transformed noise, TeP;" (i)n(i), where p represents the radius parameter or width of the
also follows a Gaussian distribution, allowing us to detive

ﬁ.j

_ ) ) rnel density estimate ang;” denotes the output of the
MSER based algorithms. We first consider the case of BP 4 ! ndf) Htbu

bol d th tend th tation to OAM b branch reduced-rank receive filter corresponding to the
symbols, and then extend the presentation to Q SymDOZy, testing vector”. In order to design a practical on-line

The derivation is general in its conceptual approach andziﬁlaptive algorithm with moderate complexity, we considher t
I

1 eIowing single-sample estimate of the true FDF

could be extended to other modulation schemes. Subsegue
we propose an automatic parameter selection scheme to

termine the lengths of the preprocessor and the reducéd-ran 5 ) 1 _le=Rlp@1?
receive filter du?ing on-Iine%pgration. fi(lbo(i)) = NLT o (23)
Subsequently, based on the PDF estimaié (23) we obtain the
A. Adaptive MSER-JPDF Algorithm for BPSK Symbols instantaneous SER estimate corresponding tol-hebranch
Firstly, let us consider the case with BPSK symbols. THef the proposed reduced-rank scheme, as givenLBy (24). In
symbol decisiorb (i) can be made as order to slir_nplify this expression, we define a new quantity
. 41, if Reh(0)] >0 s = wx“)]. Then, we can express the BPSK SER by means
bo(i) = { _1: if %[xg(i)] <0 (18) of the following unified expression:
—R[wh (1)]sign(bg (1))
where R[] selects the real part and) (i) is the output of L , V3 _g2
the I-th branch as given il (12). Note that at th¢h block Pe(Wi(2), pi(i)) = . N ds  (25)

of transmitted symbols and for a given desired synihdl),
there areV, = 2(P+L»—1DE-1 different possible arrangements “As discussed in[]7],[[34],[125], the SER does not change figmitly

(.e. (P + L, — 1)K — 1)-tuples) of the binary multiuser With the quantity w; (i) T, P/’ (i) P (i) T/"W, (i). Therefore, in order to
. f p bol . h simplify the gradient of the resulting estimated SER, we dawp the term
interference (MUI) symbolsy, (i —p), wherek € {1,... . K — & ()T PH ()P (i)TH %, (i) and employ a constant kernel widib,

1} andp € {0,..., P + L, — 2}, and the binary intersymbol which leads to significant reductions in computational ctexify.



fo . - \z—mzé(iw J it boli) )
o ] oo Tt 2p T, | o(t) =+
Pé(wl(l)apl(l)) = 2 e —R[zh ()] (24)

fooo \/21—71_’)6 22 dx, 0f bo(i) = —1

TABLE |
ADAPTIVE MSER-JPDFREDUCED-RANK ALGORITHM FOR BPSK SrMBOLS

1 Set step-size valueg,, andus,, and the number of branches.
2 Initialize w;(0) andp;(0). SetTyp,...,Tp_1.
3 for time instanti € {0,1,...} do
4 forl e {0,...,B—1} do
5 Computep; (i + 1) based on[(31) usingv; (i) and T;.
6 Computew; (i + 1) based on[(30) using,;(: + 1) and T;.
7 end
8 Select the optimal branch,,; = arg ming<;<p5_1 |bo (%) —Azg(i)| Wherlemo(z) =wH(i+1)T,PH G+ Dr(i).
Generate the estimate symbol corresponding to braggh bo (i) = Q{z;"* (i)}
where sigii.) denotes the signum function. wherep,, andy, are the step-size values. At each time instant,

In the following, we derive the gradient terms for thehese two vectors for a given branchare updated in an
reduced-rank receive filter and the preprocessing vector flternating way. The algorithm is devised to start its opena
each branch. By computing the gradient[ofl (25) with respectin the training (TR) mode, where a known training sequence

w; (i) and after further mathematical manipulations we obtatr (i) is employed, and then to switch to the decision-directed

IPL( (i), pu(i) Rl ()12 (DD) mode, where the estimated symbaj$i) from (I8) are
- = —sign(by(i)) e 27 used to compute the gradients [n](26) ahd (29). Expressions
A V2mp (26) (30) and [(31) need initial values, that 8;(0) and p;(0).
x TP (i)r(4). The proposed MSER-JPDF algorithm for BPSK modulation

In order to derive the gradient terms for the preprocelS SUmmarized in Tablg I.
sor p;(i), we define the LP x 1 vector THw,(i) =
[do(i),d1(i),...,drp—1(i)]T. The reduced-rank receive filter

output can be rewritten as

. _g,. N . N B. Adaptive MSER-JPDF Algorithm for QAM Symbols
2 (i) = wH ()T PH (i)x(i) = pt ()\DH (i)e(i),  (27) P 9 QAM &

where theL P x I matrix D(i) has the following structure Let us consider the case wiftf-ary QAM symbols. For the
NG, 0 0 proposed reduced-rank scheme, the symbol error prohabilit
d1 (i) do i) o 0 regarding the-th branch can be represented as
. . e . /= 7+ N\ _ pLR(= (: . (= (: .
D(i) = dr_1(4) di_s(i) ... do (i) . (28) Pe(Wi(i), pi(i) = P, l(]:VlEZ)v. pi(i)) +,Pll (Wi (i), pu(4))
di(i)  di—1(i) ... di(d) = P (wi(i), pu ()P (W), pu(i))
: : - : (32)
drp-1(i) dpp—2(i) ... dpp-1(i) l .
. . . . where P.(w; (i), pi(i)) = Prob{bg( bo(i)} denotes
By computing the gradient ol (25) with respectf(i), we o totale(SVEZI:(QZ)WII?IZH(QD)Z’R(WJ(i),blglgi()z)) fprc?t()f%%}[bo(m £
opain e Rlbo(i)]} andPL! (wi(i), pi(i)) = Prob{S(bo(i)] # Slbo(i)]}
OP (Wi (i), pi(i)) — —sign(by(4)) 1 67% denote the real part and imaginary part SERs, respectively
opf V27mp (29) (here,3]] selects the imaginary part). The optimization prob-
x D (i)r(i). lem is formulated to minimize an upper bound of the SER as

follows [7
The preprocessing filter and the reduced-rank receive filter L

are jointly optimized according to the MSER criteridn [7], ‘ Bl (= .

[35]. The proposed SG update equations for ik branch v—vlg)l,lfl‘l@ Pe(wi(@), pi(®)) (33)

for BPSK symbols are obtained by substituting the gradient

terms [26) and{29) in the following ?xp’ressm?ns (), i) _ PR (s (i), pu(i))  +

OPL(W1(4), pu(3)) (30) PLI(w (i), pi(i)). For small values of SER, since the
ow; true SERPl( 1(3), pi(2)) is quite close to the upper bound

PL(w (i), pi(i)), the solution obtained by minimizin@(B3) is
IPL(w(3), pu(i)) practically relevant and thus we pursue this strategy.

op; ’ (31) The output of the reduced-rank receive filter corresponding

where P!(w
(2

wi(i+1) =wi(1) — o

and

pi(i+1) = pi(i) — pp



) P, if Rlah ()] < who(i)(Fr +1)
bl (i) = { Fry i wh (i) (Fo — 1) < Rzh(1)] < wh o())(F +1), 2<m < VM —1 (37)
F o f R[zh ()] > wé,o(i)(Fm -1)
Py, if Sah(i)] < who(i)(Fr +1)
bi(i) = { Fn,  if who(i)(Fy — 1) < Sab(i)] S who(@)(Fo +1), 2<n< VM -1 (38)
Fap if Szh(i)] > wh o) (F 57 — 1)

to the/-th branch can be expressed as

residual 19
P+L,—2
(i) = who(Dbo()) + D whu(D)bo(i — p)
p=1
residual MUI (34)
K—1P+L,—2

+D 0D whu(@bi(i — ) +e(i).
k=1 n=0

In this expression, we havg, , (i) = W/ (i) /P (i)hy . (0),
where hy, , (i) denotes theu-th column vector of matrix
M (@), ..., HL ()] e {0,...,P+ L, -2}, k €
{0,..., K — 1}, while the terme(i) = Wi (i)T,PH (i)n(i).
Note that the multiplier of the desired symbol, i.e{ (i)
in (34) is a complex number which can be represented
who(i) = Wit () TP (i)ho,0(7) = pf’ ({)D (i)ho,0(i). To
simplify the detection ofM-QAM symbols, we apply the
following phase rotation operations to transform thesemesn
multipliers into real and positive quantities, which in esft
corresponds to the substitution

wuti) « 200 o) (35)
|Wl0,0(i)|
or
. w(l).o(i) .
pi(i) ¢ = pu(i). (36)
|w0,0(z)|

The conditional PDF of the real part of the reduced-rank
receive filter output for branchis given by

. 1
Jelbo (i) = S — ,
Ndcr\/ 2w (i) TP H (i)P, (i) THw, (i)
Ng—1 le—R[zy 7]
« Z e 202wl OT PGP ()T % ()
q=0

(41)

Where:Eé’q € ). By using the kernel density estimation, the
single-sample estimate of the PDF similar fo](23) can be
obtained. Based on the discussionl[ih [7], the SER expression
of the real part for branchis given by

|z —R[z} (5)]]2

LR who(RBoM]-1) 1 _ L
PLA (i), pi(i)) = o [ e
N (42)

_ 2v/M-2 ; e a=R[zh ()]
ashere ¢ = B Then, introducings = — (42)
can be rewritten as
wh 0 (D) (Rbo ()] —1) —R[z} ()] )

V2
2p — e 15’ gs.

T
(43)
Note thatwj, ,(i) andz} (i) are both functions ofv;(i) and
p:(7). By taking the gradient of (43) with respect @ (i)
andpj (i), respectively, we obtain

PLE(w(1), pi(i) = ¢

— 00

lwh 0 () (RIbo (D] —1)—R[=} (1)]]?
_ e

OPLR (Wi(i), pu(i))
oWy

= ¢ e
V2mp

x TPy (i) (R[bo ()] — 1)ho,0(i) — r(4))
(44)

By using [3%) for the reduced-rank receive filter br](36) for

the preprocessing filter, we have equivalem%(i) > 0 and
1,1

wg (i) = 0, wherew( ¢ (i) andwy (i) represent the real and  opLE (w,(i), pi(i))
imaginary parts otuéyo(z') after phase rotation, respectively.

Hence, the symbol decisioby(i) = b%(i) + jbl(i) can be
made as[{37) and_(B8), wheb& (i) and bl (i) represent the
real and imaginary parts of the estimatéf-QAM symbol,
respectively.

We focus on the real part SER, i®.E(w,(i), pi(i)), to
introduce the proposed algorithm; the derivation regaydie

imaginary part SER is straightforward. In this case, we haye ! (w, (i), p,(i)) = ¢
Ny = MP+L—DK-1 different possible arrangements in total —oo
for the MUI and ISI symbols. Similar to the BPSK case, fortpe gradient terms of this expression with respeeti)

a givenb(i) we define two sets as follows:

X ={b’b',... bNe11 (39)

: OSQSNd—l}.
(40)

and

lwh,0 () (RIbo ()] —1) = Rlzf ()] 2
_ o

-_% .
V2mp

x D (4) (R[bo ()] — 1)ho,0(3) — r(4)).
(45)

op;

Following a similar approach, we can obtain the SER expres-
sion of the imaginary part corresponding to th#éh branch

as
woo((SMo@]=1) 1 _le=slsbo?
e 2p dx.
/ V2rp
(46)
and

p:(i) are given by

lwh o (D) (Slbo (D=1 =S zf ()12

P (i) pii) &
ow; V2rp

x TP (3) (jr(i) + (S[bo(4)] — 1)ho,o(i))
(47)



V_Vlew (z) = [117170(2'), wl,l(i)v s 7wl7Dmm—1(i)a s ’wl;Dmam_l(i)]T (51)

P (1) = [P10(8) pia (8), - P 1 —1 (D), -+ DL e 1 ()] (52)

TABLE |I
ADAPTIVE MSER-JPDFREDUCED-RANK ALGORITHM FOR QAM SYMBOLS

Set step-size valugs,, and us,, and the number of branchés.
Initialize w;(0), p;(0) andw}, ((0). SetTo,...,Tp_1.
for time instant: € {0, 1,...} do
fori € {0,...,B—1} do
Computep, (i + 1) based on[{50) using:&o(i), T; andw;(4).
Computew}, (i) based onu}, (i) = pf (i + 1)DH (i)ho,0 (i).
1 .
wo,0(?) .
oGPt )
7 Computew; (i + 1) based on[{49) using:f):o(i), T; andp;(i + 1).
8 Computew}, (i + 1) based onu}, (i + 1) = W (i + 1) TP (i + 1)ho 0 (4).

1 .
w010(2+1) .
ol oG v+ L)

S UL W N

Adjust p; (i + 1) by usingp; (i + 1) +

Adjust w; (i + 1) by usingw; (i + 1) +
9 end
10 Select the optimal branch,,: = argming<;<pg_1 |bo(i) — x}(9)|, wherez} (i) = WH (i + DT PH (i + 1)r(4).

lopt

Generate the estimate symbol corresponding to brangh bo (i) = Q{z,"" (1)}

and C. Automatic Parameter Selection
LT (e /s . b 0 (D)(S[bo ()] — 1)~ (el ()]]2 Since the performance of the adaptive MSER-JPDF
OPe (W) o)) _ _¢ - 202 reduced-rank algorithm depends on the rdhland the length

= e
opi @‘ o , ‘ of the preprocessof, we develop an automatic parameter
x DY (i) (5r(8) + (S[bo(3)] — l)hO’O(Z)z)lé selection scheme in which and I are adjusted on-line for
(48)  added flexibility in the implementation of the proposed stru

ture. The proposed scheme performs the search within a range

_Next, the preprocessing filter and the reduced-rank recejye 5nnropriate values and relies on the Euclidean distance
filter are jointly optimized using recursions that are enypld 1, getermine the lengths of;(i) and p;(i) corresponding

in an alternating fashion. The proposed SG update equatiQgSyranch/, which can be adjusted in a flexible structure.

corresponding to branchfor QAM symbols can be obtained a¢ each time instant, for branchwe adapt a reduced-rank

by substituting the gradient termis {44). (4$).1(47) &nd (48) receive filterw,”™*= (i) and a preprocessey " (i) according

the following expressions: to the proposed algorithms in Talfle 1[0F Il with the maximum

OPLR (W (1), pu(4)) allowed rankD,,,, and the maximum preprocessor length
< ’ Imaz, respectively, which can be expressed[as (51) (52).

wi(i+ 1) = w(7) —,uw<

. , , owi (49) Then, we test the values of rarR and preprocessor length

n Py (V_Vl(l)apl(l))) I within the range, namelyD,in < D < Dyas and

ow; Imin < I < I,4.- For each pair ofD and I of branchi,

we substitute the vectoss'” (i) = [w;o(i), ..., m.p_1(i)]”

and oy - AT
R ' ' andp,;”’ (i) = [p1,0(%), ..., m.1-1(2)]" , whose components are
(i+1) = puli) — IP " (Wi(i), pu(3)) taken fromw,”™** (i) andp; ™" (i) in (51) and [ER), into the
P P Ky op; (50) following expression of the Euclidean distance
4 O “)’Pl(“)) P 1(0) = [bo() — WP (TR (). (53)
o

The optimum lengthsD, ., and I; ., for the reduced-rank
Similar to the proposed adaptive algorithm for BPSK sympolteceive filter and the preprocessor corresponding to branch
in this case the algorithm is developed to start in the TR mod# time instant: can be chosen as follows:

and then to switch to the DD mode. The proposed MSER- D I _ . D,I; 54
JPDF algorithm forV/-QAM symbols is summarized in Table [Popts Ti.opt] 8 i 2D Dy ! @ G4

M, where the arrow denotes an overwrite operation. _ _ fmin SIS Tnaz
After the optimum filter lengths are determined for all the

5Note that the proposed adaptive algorithms can be extendediticarrier Pranches, we select the optimum branch of the JPDF scheme
systems (e.g. filter-bank multicarrier and generalizethagonal frequency- based on the following criterion
division multiplexing (OFDM) systems that are being coesétl for 5G).
With multicarrier modulation, the system can be describéith w flat fading lopt =arg min |b0(i)_V‘Vl(DlvOP‘)H(i)TlR(i)pl(IlvOP‘)*(z’)|,
channel for each subcarrier and the proposed scheme andthaigo would 0<i<B-1
mitigate the MUI rather than both ISI and MUI, as with the emtrdescription. (55)



TABLE Il
COMPUTATIONAL COMPLEXITY IN THE CASE OFBPSK

Number of operations per symbol

Algorithm Multiplications Additions
Full-Rank-LMS 2LP + 1 2LP
Full-Rank-MSER([35] 3LP+1 2LP
MSER-JIO [40] 8LPD + 7D +2LP +9 7LPD +2LP — 1
EIG [13] O((LP)*) O((LP)*®)
MSER-MSWF[38] D(LP)?> +4LPD +5D 4+ LP 47 D(LP)* +5LPD — 1
MSER-JPDF BI(LP +1.5) 4+ BD(I +2) + 6B — 0.5I°B  BI(LP+0.5) + BD(I +1) — 0.5I°B
TABLE IV

COMPUTATIONAL COMPLEXITY IN THE CASE OFQAM

Number of operations per symbol

Algorithm Multiplications Additions
Full-Rank-LMS 2LP +1 2LP
Full-Rank-MSER[7] 6LP +5 5LP
MSER-JIO [40] 10LPD + 7D +4LP + 17 9LPD +4LP +3
EIG [13] O((LP)?) O((LP)®)
MSER-MSWF[38] D(LP)2 +5LPD + 5D +2LP +11 D(LP)2 +6LPD+ LP+1

MSER-JPDF  BI(2LP +3) +2BD(2I +1) + 8B — BI> 2BI(LP + 1)+ BD(4I — 1) + 2BLP — BI®

Hence, in this case the output of the proposed reduced-ramd the design complexity of each branch multiplied by the
scheme at time instantis generated according to the selectedumber of branched3. In practice, to limit computational
branchl,,: with the optimum parameters. For given lengthsomplexity, the number of branches should be kept small,
Dy @and I, the complexity of the automatic parametetypically B € {2,3,4} in this work. From the figures in
selection scheme mainly lies in the computation of the disga these Tables, it is clear that the full-rank SG-based alyms
le’I(z’) in (53) and a simple search over the candidd?esnd have lower complexity than all the reduced-rank algorithms
I in (B4). Consequently, this approach does not considerabiyder comparison. As pointed out earlier, the main problem
increase the computational complexity. Note that the @mallof the full-rank SG-based adaptive filtering algorithmshisit
values of D and I may produce faster adaptation duringery slow convergence performance when a filter with a large
the initial stage of the estimation procedure while slightinumber of adaptive weights is employed, as needed here to
larger values ofD and I usually yield better steady-stateprocess a large-dimensional received data vectors. Adfnou
performance. In Section VI, we will show that the proposeithe complexity of the reduced-rank algorithms is highentha
adaptive MSER-JPDF reduced-rank algorithms with the autiivat of the full-rank SG-based algorithms, in Section VI we
matic parameter scheme can improve the convergence sp&éd show that for a limited increase in complexity, they
and steady-state performance compared to the algorithths wdan yield a significant increase in convergence speed and

fixed parameter® and . tracking performance when compared to the former, whose
performance in the current application is simply unacdapta

In this section, we carry out the analysis of the proposggamSt the number of received antenna elements for the
MSER-JPDF adaptive reduced-rank algorithms. Firstly, cently reported MSER-based reduced-rank algorithmk [38

X . 30] and the proposed MSER-JPDF reduced-rank algorithms.
compare the computational complexity of these new alg

. > . . 1 particular, we consider a commonly used configuratiomwit
rithms to that of existing reduced-rank adaptive algorgtand P y g

f th tional full-rank adat laorith Sedend P =3,1=12andD = 10. From these results, we find that
of the conventional Tull-rank adaptive algortnms. Sedgna y,q proposed algorithms have significantly lower compiexit

we inyestigate the convergence behavior of the newly plenbo%an the existing MSER-MSWF reduced-rank aIgorﬁl{BB].
algorithms. Although the complexity of the proposed algorithms incesas

as the numbeB of branches increases, it remains lower than
A. Computational Complexity that of the MSER-JIO reduced-rank algorithims|[40] for a¢arg

In Table[Ill, we focus on the case of BPSK and showumber of antenna elements. Note that for the proposed adap-

the number of additions and multiplications per symbol div& MSER-JPDF reduced-rank algorithms with the automatic
the proposed adaptive reduced-rank algorithm, the egistiﬁelecnon scheme, the numbers Qf multiplications and eofdit _
adaptive MSER-based reduced-rank algorithms| [38]] [4G}'€ the same as those shown in Tépié Il IV, but with
the conventional adaptive LMS full-rank algorithin [11] andarameters) ., and/,qq msteadlofD_ and!. In addition, a
the adaptive full-rank algorithm based on the SER critericHMPle search over the valuesf’ (i) is performed in order

35]. Table shows the corresponding figures for the case
[ ] i) P g g SNote that the MSER-based MSWF reduced-rank algorithm [38tec

of QAM S_ymbOIS' The Overa”_compleXity of .the prOpOS?@ponds to the use of the procedure [inl[15] to const@igi(:) and of the
algorithm includes the complexity of the selection mechani MSER-SG adaptive algorithm ifi [B5].1[7], to comput(i).



10

to select the optimal parameter values,,; andl; .., whose MSER solutions for the reduced-rank receive filey, which

time complexity is aboul.5( D40 — Diin) (Imaz — Imin).  form an infinite half line in the filter weight spaﬂ:eSince

In Section V], we will show that the estimation and detectiothe cost function is symmetric ifv; and p;, similarly by
performance of the proposed MSER-JPDF exceeds thatfieing w;, there will be multiple global MSER solutions for
existing adaptive reduced-rank algorithms by a wide margirp;. In the proposed SG-based adaptive algorithm, for each
branchi at time indexi, we try to find the gradient direction
along the instantaneous SER cost function surfacepfoi)

and w; (i), respectively, in order to compute;(: + 1) and

w;(i + 1). By using small step sizesy SG iterative steps
are approximately equivalent, on average, to a single targe
step in the direction of steepest decent on the average SER
performance surfac®!(w;, p;), where N is a large integer
[11]. Hence, the instantaneous gradient can be replaced by a
less noisy average, leading to the following steepest aésce
update expressions:

10

O—#

10°F

Number of multiplications
o
i \\
4O
Number of additions
i
S,
\\\
N

1
¢ ~
PL(w(mN), pi(mN
pi((m+ 1)N) = py(mN) — a 2T ap)* mN)) (s6)
l
i MZER—J\? [32][301 ; MiER—JI(SJ [32][30] ,ﬁl ( ( N) (( 1)N))
mSEE:ZAPI;AFIFB:Z xsggjpbvfs:z wi(m , Pir{{m +
ZMSEWJPDF :B=A; _—Z—_MSER—JPDFEB:A; Wl((m+1)N) =W (mN)—Oéw < ow*
10220 20 & 80 %% 20 % 80 t (57)

L L

where m € {0,1,2,...} denotes the index of blocks of
received vectors, and,, and «, are the step sizes for the

Fig. 2. Comparison of computational complexity for the rebereported - ; i ; mc i
reduced-rank algorithms and the proposed MSER-JPDF rdehacd algo- reduced-rank recewg and preprocessing filters, res . tv
rithms in the case of BPSK symbol§ & 12, D = 10, B = 2, 4). Therefore, by following [(56) and[(57) we can obtain the

following inequalities for the average SER corresponding t
the [-th branch:
‘ ‘ , ‘ Pe(pi((m+1)N),w;(mN)) < Pi(pi(mN), W, (mN)) (58)
and

Pe(pi((m+1)N), Wi((m+1)N)) < 75i(lfn((mﬂ)l\f%V‘Vz(7nfzf)£)9-)
5
This algorithm starts from the initial valueg; (0) andp;(0).
By using [58) and[(39), we obtain

< PLpi((m + 1)N), ®i((m + 1)N))
0 < PL(pi((m + 1)N),%;(mN))
) PL(pi(mN), Wi(mN)) < ... < PL(pi(N), %1(N))
e o 5 (pi(N), ®1(0)) < PL(pi(0), Wi (0)).

—E— MSER-MSWF [30]
—X7— MSER-JPDF (B=2) (60)
—©— MSER-JPDF (B=4)

£
153

10°F

Number of muttiplications
:
Number of additions
.
:
n < A 4 L
22

10°H

g

78 80

—#— MSER-JIO [32]

—E— MSER-MSWF [30]
—S7— MSER-JPDF (B=2)
—©— MSER-JPDF (B=4)

IN N ]

10°

This shows that as the number of iterations increases the

average SER of each branc¢hdecreases. Therefore, since

the SER value is lower bounded iy the adaptive MSER-

Fig. 3.  Comparison of computational complexity for the rebereported JPDF reduced-rank algorithm for each branch is convergent.

:ﬁﬁ;‘fﬁ]’r&lkCzlsggrgpgzhﬂa”s‘ilrrfog(():p%?dDM:SE&'JBFz':zvri?m algo- Furthermore, at each time index after updating the reduced-

rank receive and preprocessing filters for all the brancives,

select the optimal branch,; corresponding to the minimum

B. Convergence Analysis Euclidean distance between the true transmit symbol and the
: filter output of each branch (see {13)). By taking the average
In the following, we discuss the convergence behavior of thger independent realizations, we obtain that the aver&ge S

proposed algorithms for the joint design of the preprocessiof the proposed multiple filtering branches scheme is lower

filtel’ a.nd I‘educed-rank receive f|lter FirSﬂy, we fOCUS than the average SER Of each branch and |t decreases W|th

the adaptive MSER-JPDF reduced-rank algorithm with BPSKcreasing of the number Of iterationS.

symbols, and provide a proof for its convergence by consider

ing a given branch, i.e., a fixed valueo€ {0,1,...,B—1}. 7By fixing the preprocessing filter, based on the discussidB5j[36], we

From [35] (7] we can see that for the average SER codtain that any local minimizer of the SER cost function idabgl minimizer.
= Let w; o, be such a global MSER solution for tiieth branch. According

. P . =
funCt'OnPe (le Pl) CorreSpond'ng_to t.hl-}.th. branch, by flxmg to [35] the weight vectoraw; .+, a > 0, are all global MSER solutions for
the preprocessop;, there will exist infinitely many global branchi, which form an infinite half line in the filter weight space.

40 60 8 20 40 60
L L

N
S
3
®
3
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() BPSK K=6,SNR=10dB,f,T =10"4-branch (b) 16-QAM K=3,SNR=12dB,f,T_=10"%4-branch

Compared to the proposed algorithm for BPSK symbols o I ‘
in Table[, the proposed algorithm fav/-QAM symbols in
Table [l has two extra operations, namely steépsand 8.
Those operations are carried out after each adaptiveigarat w
adjust the preprocessing and the reduced-rank receivisfilte
respectively, in order to guarantee thaf, is positive real
as needed fo/-QAM detection; however, these operations £ 10}
do not affect the convergence. Thus, for each branch wi
still have P.(p;((m + 1)N), %, ((m + 1)N)) < PL(pi((m +
1)N), % (mN)) < Pl(pi(mN),w;(mN)) at them-th block 107}
of received vectors. Hence, a similar analysis as above ca
be done for the adaptive MSER-JPDF reduced-rank algorithr
with M-QAM symbols, thereby showing the convergence of P PR T
this algorithm. ! ‘

)

y

6
8

D=10
——D=12

107

SER

Fig. 4. SER performance versus parametewith different values ofD
VI. SIMULATIONS for the adaptive MSER-JPDF reduced-rank algorithms: (apBRymbols

In this section, we evaluate the performance of the propoééﬁ;_ﬁl’g;R :T10E|3110[%Ts = 107°); (b) 16-QAM symbols = 3,
adaptive MSER-JPDF reduced-rank algorithms and compgl% - JaTs = )
them with existing adaptive full-rank and reduced-rankoalg

rithms. Monte-carlo simulations are conducted to verifg th | (@BPSKKSB1,T =107 4-branch , (B 16-QAMK=3T, =107 4-branch
. . 10 10

effectiveness of the MSER-JPDF adaptive reduced-rank S( - [ —e—p-ni

algorithms for large-scale multiple-antenna systems. ha t Ao —e—D-wr

simulations, we assume that the base station is equippéd wit
L = 40 antenna elements and the system includes one desire
user andK — 1 interfering users. We adopt an observation
window of P = 3 symbols, the multipath channels (the
channel vector§ig . o (7), - - . , hk_,,,pr,l(i)]T) are modeled by
FIR filters, with theL,, coefficients spaced by one symbol. The
channel are time varying over the transmitted symbols, eher
the profile follows the Universal Mobile Telecommunicaton
System (UMTS) Vehicular A channel model [42] with, = 3,
and the fading is given by Clarke’s modEel [43]. The users
have identical transmit power, which is normalized to ufidty
convenience. We set = 1.060 [33], [88], [89] in (30), [31),
(49) and [(3D). The full-rank, reduced-rank and preprooessigig. s, SER performance of the adaptive MSER-JPDF redumekl-r
filters are initialized ashg o(0), T;hoo(0) and[1,0,...,0]T algorithms versus SNR for different values bf and I: (a) BPSK symbols
with appropriate dimensions, respectifelyThe algorithms (K = 6. faTs = 107°); (b) 16-QAM symbols (£ = 3, f4Ts = 10~°).
process300 symbols in the training mode, which is followed
by a decision directed mode of operation.

In the first experiment, we investigate the effectdb&nd/ to obtain the most adequate values of paramefgrand I
on the proposed adaptive MSER-JPDF reduced-rank algoritifion these algorithms and values beyond the range shown here
for BPSK symbols andl6-QAM symbols, respectively. In need not be considered since they do not lead to performance
particular, we consider the case with= 4 branches. In Fig. improvements. From the results of Figl 4(a), we can see
[4(a) and (b), we show the SER performance of the proposgdt the SER initially decreases with an increasel pbut
algorithms (Tablell andll) versu$ for D = 6,8,10,12. beyond! = 12 the performance does not change significantly.
The SER is evaluated for data recordsl600 symbols. Note In order to keep a low complexity we adopt = 12 and
that Fig.[4(a) and (b) correspond to the algorithm with BPSK = 10 for the proposed algorithm with fixed and I in
and 16-QAM symbols, respectively. In order to provide thehe case of BPSK symbols, but also later compare this choice
best performance, we tungd, = p, = 0.01 for Fig.[4(a) with the proposed algorithm that uses the automatic pasmet
and u, = p, = 0.006 for Fig. [4(b). For the case with selection. Similarly, based on the results shown in [Hig) 4
BPSK symbols, we use0dB for the input SNR while the selectD = I = 12 for the proposed algorithm witih6-QAM
normalized Doppler frequency i;7s = 107°, where f4 is symbols. Fig[(a) and (b) illustrate the SER performance
the Doppler frequency in Hz anfi; is the symbol duration. of the adaptive MSER-JPDF reduced-rank algorithms versus
For the case witl16-QAM symbols, we set SNR 12dB and SNR for different values ob andI, corresponding to the case
faTs = 1075, Notice that we have conducted experimentsith BPSK and16-QAM symbols, respectively. We employ

data records ofl500 symbols. The algorithms are run with

8'_I'he fuII-rank' and reduced-rank receive filters are initiedi based on the B — 4 pranches and the normalized Doppler frequency is set

desired symbol's matched filter, i.ehp o(0). In this work, we assume that to f,T, — 10-%. From the results in this figure, we can see that

this information is known as a priori knowledge for simgiciln practice, it
should be obtained by implementing channel estimationrihgos. the selected values dD andI offer a good tradeoff between

4 6 8 10 I 6
SNR (dB) SNR (dB)
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complexity and performance for the proposed algorithmé wit.e. parametei3, increases. In this regard, we addpt= 2
fixed D and 1. and B = 4 for the remaining experiments because they present
an interesting tradeoff between performance and complexit

K=6,SNR=10dB f T_=10"°
10 . :

—&— 1-branch L=60,K=6,SNR=10dB,{,T =10
—P— 2-branch 10° : :
3-branch =—de— MSER Full-Rank [27]
¥ —— 4-branch —&— MMSE-LMS Full-Rank [10]
104 : : ~=©— 5-branch|

MSER-MSWF [30]
—p— MSER-JIO [32]
MSER-JPDF 2-branch
—&— MSER-JPDF 2-branch (auto)|
: —— MSER-JPDF 4-branch
=%~ MSER-JPDF 4-branch (auto)

SER

AAAbA-A A A A

R AR AR £33 432 4 £ o o 4

0 500 1000 1500
number of received symbols -5

0 1000 2000 3000 4000 5000
number of received symbols

Fig. 6. SER performance of the adaptive MSER-JPDF reduaekl-r
algorithm with BPSK symbols versus the number of receivechtmyls for

different number of branchesk{ = 6, SNR= 10dB, f,Ts — 10-5). Fig. 8. SER performance of the adaptive MSER-JPDF reduaekl-algo-

rithm with BPSK symbols versus the number of received sysifil = 6,
SNR = 10dB, f;Ts = 10~5).

K=3,SNR=12dB f T _=10"°

10 7 7
i : - [ —&— 1-branch L=60,K=3,SNR=12dB f{,T =10"°
0
: B e g—grancg 10 g i T —4A— MSER Full-Rank [27]
&\ —pbrancl .
S : . —&— MMSE-LMS Full-Rank [10]
—@— 4-branch (201
5_branch MSER-MSWF [30]
=P MSER-JIO [32]
MSER-JPDF 2-branch
—&— MSER-JPDF 2-branch (auto)
=—— MSER-JPDF 4-branch
=%~ MSER-JPDF 4-branch (auto)|
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SER

SER

10°

i i
0 500 1000 1500 10° ; ; i i
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Fig. 7. SER performance of the adaptive MSER-JPDF reduaekl-r _. .

algorithm with 16-QAM symbols versus the number of received symbo'%llg(')ristahm Wi?hE1R6 %ﬂﬁr@;r?ﬁgilso fvg:s?u: dtﬁgmrlfm?ng E%Jseggvézdsynﬁ;gls
. e _ s "

for different number of branchesk(= 3, SNR= 12dB, f37s = 10~°). (K = 3, SNR= 12dB, f,Ts — 10-9).

In the next experiment, we study the impact of the nu-mberFig. [ and Fig[P show the SER performance versus the
of branches on the performance of the proposed algorithmgmber of received symbols for the proposed adaptive MSER-
In Fig. [8 and Fig.LV, we study the convergence behavi§bpr reduced-rank algorithms with fixed and automatic pa-
of the proposed algorithms by showing the evolution of thgneter selection schemes and for the existing adaptive ful
SER performance as a function of the number of receivedny and reduced-rank algorithms, namely: the MSER-SG
symbol§. We designed the adaptive MSER-JPDF reduceflj_rank adaptive algorithm [7]/135], the MMSE-based LMS
rank algorithms withB = 1,2,3,4,5 parallel branches. Fig. f|l-rank adaptive algorithm[[11], the MSER-based MSWF
shows the performance of the BPSK case, where the oth@rhiive reduced-rank algorithr [38] and the MSER-based
system paramet5ers are set as follows= 6, SNR=10dB  a4aptive JIO reduced-rank algorith [40]. In Fig. 8, we fcu
and fyTs = 107°; while Fig.[4 shows the performance forgn the case of BPSK symbols where the algorithm summarized
the 16-QAM case, where the other parameters @@= 3, i Taple[] is applied. The other system parameters are set to:
SNR = 12dB and f;T, = 105, The values of step-size arex — ¢, SNR = 10dB and f,7, = 10~°. Fig.[3 focuses
adjusted as in the previous experiment. From these resuis, ihe 16-QAM symbols where the algorithm in Tabl€l II
it can be noted that the performance of the proposed MSEiB'applied; the other system parameters die:= 3, SNR
JPDF algorithms improves as the number of parallel branches;oqg and £,7, = 10~5. The main algorithm parameters in

9 . . ) , _ the experiments are adjusted as given in ThbBle V for the BPSK

The on-line adaptive algorithms update the filters once &mhereceived din TabEVI f h AM Wi h h
symbol. Thei-th symbol time instant corresponds to thih adaptive iteration, case and In la ort EGTQ cas_e. e note that t es_e
and T also corresponds to the time between iterations. parameter values for the various algorithms under comparis
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have been optimized based on simulations. In order to foausalgorithms are shown in Tablel V and Tablel VI. From the re-
the main contribution, we only consider the uncoded systemsults, we can see that the best performance is achievedheith t
this work. From the results, we can see that the proposed adamposed adaptive MSER-JPDF reduced-rank algorithms, fol
tive reduced-rank algorithms with the automatic parametierwed by the adaptive MSER-JIO reduced-rank algorithm, the
selection scheme achieve the best convergence performaadaptive MSER-MSWF reduced-rank algorithm, the matched
followed by the proposed algorithms with fixed valuesiof filter, the MSER full-rank adaptive algorithm and the MMSE-
and I, the recently proposed MSER-JIO adaptive reducedased LMS full-rank adaptive algorithm. In particular, the
rank algorithm and the other analyzed algorithms. In oBPSK case the adaptive MSER-JPDF reduced-rank algorithm
studies, the steady-state SER performance of the proposéth the automatic parameter selection sche@ddranches)
reduced-rank algorithms is consistently lower than that cin lead to a4dB gain in SNR and suppo#i more users
the conventional algorithms. Due to the novel MSER-JPDR comparison with the adaptive MSER-MSWF reduced-rank
scheme, the proposed reduced-rank algorithms outperfeem &lgorithm at the SER level of0~3. For the16-QAM case,
conventional algorithms in terms of both convergence bielhavthe proposed algorithm with the automatic parameter setect

10°

and steady-state performance. scheme £ branches) can lead to a gain more tHdB in SNR
and suppor2 more users compared to the adaptive MSER-JIO
(@) k=61, T 10 . Oswelomgre0° reduced-rank algorithm at the SER level2fk 1072,

—A— MSER Full-Rank
~—6— MMSE-LMS Full-Rank

Furthermore, we consider a measure which relates SER
and computational complexity at the same time to compare
the proposed reduced-rank algorithms with the convenitiona
reduced-rank algorithms. In this scenario, we compute the
packet success probability to comgjutatlonal complexitiora
(PCR), which is expressed &5—>25" \vheren denotes the
number of symbols per packet ‘and denotes the number of
computations per packet. For simplicity, we focus on usirey t
number of multiplications as a measure of the computational
complexity. Table§ VIl an@ VIl show the PCR values versus
different values of SNR for BPSK antls-QAM symbols,

) . respectively, where we set= 20. The system parameters are
Poe w s v oz Pa e mTw ow to those used in Fig._10(a) and Figl 11(a). From the results,
we can see that the proposed reduced-rank algorithms grovid
) _ ~ larger PCR values compared to the conventional reduced-
fé?'nﬁ?,;berso'?ﬁs‘é???}'gﬁ'}fif% ngK symbols versus: (@) SR 6); o) algorithms, which indicates that the proposed algonit
can improve the performance with reduced computational
complexity.

MSER-MSWF
—p— MSER-JIO
MSER-JPDF 2-branch

—— MSER-JPDF 2-branch (auto)|
—¢— MSER-JPDF 4-branch 10
=~ MSER-JPDF 4-branch (auto)|

—k— Matched Filter

107"

i

10°

= —10°8 - —10~6
(@) K=3{,T =10 (b) SNR=120B,1, T =10
T T T T

K=6,SNR=10dB
T

10| —f— MSER Full-Rank
—6— MMSE-LMS Full-Rank
MSER-MSWF
= MSER-JIO
MSER-JPDF 2-branch
| ==€— MSER-JPDF 2-branch (auto)
10 | —@— MSER-JPDF 4-branch
—%— MSER-JPDF 4-branch (auto)|-
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Fig. 12. SER performance versifigT’s (cycles/symbol) for BPSK symbols

Fig. 11. SER performance fdi6-QAM symbols versus: (a) SNRY = 3); (SNR= 10dB, K = 6).
(b) number of userd (SNR= 12 dB).

In Fig.[12 and Figl_1I3, we show the SER performance of the
Fig.[10(a) and (b) show the SER performance of the desiradalyzed adaptive algorithms as the fading rate of the alann
user versus the SNR and the number of u§ér$or BPSK varies, where we employ data records1660 symbols. The
symbols, respectively, where we $6fs = 107°. The SER is results of Figl['IR are based on BPSK symbols, where we set
evaluated for data records 8500 symbols. Flgljll(a) and (b) K = 6 and SNR= 10dB, while Fig.[I3 focuses on th&s-
show the corresponding results fo6-QAM symbols, where QAM case, wherek = 3 and SNR= 12dB. The values of
we set f;T, = 10~%. The optimized parameter values of thalgorithm step-sizes used in these experiments are optimiz



TABLE V

OPTIMIZED ALGORITHM PARAMETERS FORBPSK SYMBOLS

MMSE-LMS Full-Rank Jiw = 0.015
MSER Full-Rank fiw = 0.02
MSER-MSWF [iw = 0.05, D =10
MSER-JIO Jiw = 0.03, ig = 0.03, D = 10
MSER-JPDF Jiw = 0.01, i, = 0.0, D =10, T = 12

MSER-JPDF (auto)

Hw = HUp = 0.006, Dmaz = 10, Dinin = 6, Imax = 12, I;min =6

TABLE VI

OPTIMIZED ALGORITHM PARAMETERS FOR16-QAM SYMBOLS

MMSE-LMS Full-Rank

Liw = 0.0015

MSER Full-Rank

L = 0.004

MSER-MSWF pw = 0.03, D =12
MSER-JIO pw = 0.008, ug =0.008, D = 12
MSER-JPDF pw = 0.006, up = 0.006, D =12, I =12

MSER-JPDF (auto)

Hw = HUp = 0.003, Dmaz = 12, szn =6, Imaz = 12, Imzn =6
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TABLE VII
COMPARISON OFPCRVALUES FORBPSK sYMBOLS
Algorithms SNR=0dB | SNR=4dB | SNR=28dB | SNR= 12dB
MSER-JPDF B =2) | 452 x 10 ° | 954x 10 © | 1.07Tx 10 ° | 1.1x 10 D
MSER-JPDF B =4) | 305 x107% | 51x10°% 5.5 x 1070 5.53 x 10~F
MSER-MSWF 449 x10°% | 1.15x 10~ 7 | 1.4x 107 | 1.47 x 10—~
MSER-JIO 1.12x 100 | 274 x 100 | 319 x 10~ © | 3.292 x 10~ ©
TABLE VIl
COMPARISON OFPCRVALUES FOR 16-QAM SYMBOLS
Algorithms SNR=0dB | SNR=4dB | SNR=8dB | SNR= 12dB
MSER-JPDF B=2) | 9.0x 1077 | 921 x 1077 | 2.98 x 107 % | 3.87 x 10~°
MSER-JPDFB=4) | 50x 109 | 486 x 107 | 1.65 x 10 © | 2.11 x 10" ©
MSER-MSWF 14x 1010 [ 937x10° 9 | 3.67x 10 ° | 6.35x 10 °
MSER-JIO 3.0x 109 | 2.88x 107 | 827 x 10 7 | 1.26 x 10~ ©
0 _ K=SSNR=12d with 2 branches. Fig_12 and Fif.]13 show the ability of the

adaptive MSER-JPDF reduced-rank algorithms to deal with
channel variations for both BPSK and QAM symbols. Despite
their low complexity, the full-rank SG-based algorithmsica
only achieve a poor performance, inadequate for practical
applications. The SER performance of the analyzed adaptive
algorithms in Fig.[IB is not as good as in Figl] 12, since
detecting a high order modulation symbol is harder than
detecting a low order modulation symbol, specially for &arg
values of f;T5.

SER

. - —| =—&— MSER Full-Rank
i =——0-— MMSE-LMS Full-Rank
10~ MSER-MSWF
MSER-JIO
MSER-JPDF 2-branch
—&@— MSER-JPDF 2-branch (auto)
—&— MSER-JPDF 4-branch
~ —%— MSER-JPDF 4-branch (auto)|
10 -6 ‘-5 ‘-4 J-a
10 10 o 10 In this paper, we have proposed an adaptive JPDF reduced-
rank strategy based on the MSER criterion for the design of a
Fig. 13.  SER performance versygT, (cycles/symbol) for16-QAM  receive-processing front-end in multiuser large-scaldipie-
symbols (SNR= 12dB, K = 3). antenna systems. The proposed scheme employs a multiple-
branch processing structure which adaptively performsedim
sionality reduction using a set of jointly optimized prepro
for each value off;T;. In particular, for the proposed algo-cessing and decimation units, followed by receive filtering
rithms with BPSK, we usg,, = u, = 0.01,0.01,0.005,0.002 The final decision is switched to the branch with the best
for 47, = 1075,107°,107%,1073, respectively; for thel6- performance based on the minimum Euclidean distance during
QAM case, we usg., = u, = 0.006,0.001,0.0005,0.0005 a training period. We have developed SG based algorithms
for f4T, = 107%,107°,107%, 103, respectively. First, we can for the adaptive implementation of the preprocessing filter
see that as the fading rate increases, the performance becoamd the reduced-rank receive filter in the case of BPSK and
worse, although our proposed algorithms outperform the e®AM symbols. An automatic parameter selection scheme has
isting algorithms. Moreover, we observe that the proposéeen proposed to determine the lengths of the preprocessor

algorithms with4 branches perform better than in the casend the reduced-rank receive filter during their operativa.

VII. CONCLUSION
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focused on the computational complexity and convergenge] R. C. de Lamare, M. Haardt, and R. Sampaio-Neto, “Blindagtive

to perform the analysis of the proposed algorithms. The
results have shown that the proposed scheme significantly

Constrained Reduced-Rank Parameter Estimation based ostado
Modulus Design for CDMA Interference SuppressiohEEE Transac-
tions on Signal Processing, June 2008.

outperforms existing reduced-rank algorithms and can @ipp[23] R. C. de Lamare and R. Sampaio-Neto, “Reduced-rankestime adap-
communication systems with higher loads, i.e. |arger numbe tive interference suppression with joint iterative leagiares algorithms

of mobile users for a given quality of services. Future work

will consider nonlinear detectors and other multiple-ante
configurations[[44]:[87].
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