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Strong Divergence for System Approximations
Holger Boche and Ullrich J. Mönich

Abstract

In this paper we analyze the approximation of stable linear time-invariant systems, like the Hilbert

transform, by sampling series for bandlimited functions inthe Paley–Wiener spacePW1

π
. It is known that

there exist systems and functions such that the approximation process is weakly divergent, i.e., divergent

for certain subsequences. Here we strengthen this result byproving strong divergence, i.e., divergence

for all subsequences. Further, in case of divergence, we give the divergence speed. We consider sampling

at Nyquist rate as well as oversampling with adaptive choiceof the kernel. Finally, connections between

strong divergence and the Banach–Steinhaus theorem, whichis not powerful enough to prove strong

divergence, are discussed.

Index Terms

strong divergence, bandlimited signal, Paley–Wiener space, linear time-invariant system, Banach–

Steinhaus theorem

I. INTRODUCTION

Sampling theory studies the reconstruction of a function interms of its samples. In addition to its

mathematical significance, sampling theory plays a fundamental role in modern signal and information

processing because it is the basis for today’s digital world[37].

The fundamental initial result of the theory states that theShannon sampling series
∞
∑

k=−∞

f(k)
sin(π(t− k))

π(t− k)
(1)
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can be used to reconstruct bandlimited functionsf with finite L2-norm from their samples{f(k)}k∈Z.

Since this initial result, many different sampling theorems have been developed, and determining the

function classes for which the theorems hold and the mode of convergence now constitute an entire area

of research [33], [27], [16], [35].

In this paper we study the convergence behavior of differentsampling series for the Paley–Wiener

spacePW1
π consisting of absolutely integrable bandlimited functions. Analyzing sampling series and

finding sampling theorems for the Paley–Wiener spacePW1
π has a long tradition [13], [16], [17]. Since

Shannon’s initial result forPW2
π [37], efforts have been made to extend it to larger signal spaces [13],

[28], [15].

In this paper we prove strong divergence, i.e., divergence for all subsequences, for different sampling

series, where only weak divergence, i.e., divergence for certain subsequences, was known before, and

further, we give the order of divergence. We also study the approximation of linear time-invariant (LTI)

systems and show that we have strong divergence there, even in the case of oversampling. Interestingly,

it is possible to show strong divergence if the system is the Hilbert transform, which is a stable LTI

system forPW1
π, i.e. the space under consideration.

In addition to the specific questions about the convergence and divergence behavior of sampling series,

there also rises a general mathematical question in the context of the analyses in this paper: can we

develop universal mathematical techniques for the convergence and divergence analysis of adaptive signal

processing procedures? For example, the Banach–Steinhaustheory from functional analysis can be seen

as a mathematical tool for analyzing non-adaptive signal processing procedures. The question is whether

a similar theory can also be developed for adaptive signal processing.

In the next section we will introduce some notation and then,in Section III, we will give a more

detailed motivation of the problem.

II. N OTATION

Let f̂ denote the Fourier transform of a functionf , wheref̂ is to be understood in the distributional

sense. ByLp(R), 1 ≤ p ≤ ∞, we denote the usualLp-spaces, equipped with the norm‖ · ‖p.

For σ > 0 let Bσ be the set of all entire functionsf with the property that for allǫ > 0 there exists a

constantC(ǫ) with |f(z)| ≤ C(ǫ) exp
(

(σ + ǫ)|z|
)

for all z ∈ C. The Bernstein spaceBp
σ consists of all

functions inBσ whose restriction to the real line is inLp(R), 1 ≤ p ≤ ∞. A function in Bp
σ is called

bandlimited toσ.
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For σ > 0 and 1 ≤ p ≤ ∞, we denote byPWp
σ the Paley-Wiener space of functionsf with a

representationf(z) = 1/(2π)
∫ σ
−σ g(ω) e

izω dω, z ∈ C, for someg ∈ Lp[−σ, σ]. If f ∈ PWp
σ, then

g(ω) = f̂(ω). The norm forPWp
σ, 1 ≤ p < ∞, is given by‖f‖PWp

σ
= (1/(2π)

∫ σ
−σ|f̂(ω)|p dω)1/p.

III. PROBLEM FORMULATION AND DISCUSSION

A. Adaptive Function Reconstruction

Before we state our main results, we present, motivate, and discuss the problems and main questions

that we treat in this paper. Let

(SNf)(t) :=

N
∑

k=−N

f(k)
sin(π(t− k))

π(t− k)
(2)

denote the finite Shannon sampling series. It is well-known that SNf converges locally uniformly tof

for all functionsf ∈ PW1
π asN tends to infinity [13], [16], [17]. However, the series is notglobally

uniformly convergent. The quantity

PNf := max
t∈R

|f(t)− (SNf)(t)| ,

i.e., the peak value of the reconstruction error, diverges for certainf ∈ PW1
π asN tends to infinity. In

[8] it has been shown that there exists a functionf ∈ PW1
π such that

lim sup
N→∞

PNf = ∞. (3)

Since the uniform boundedness theorem has been applied in the proof of (3), it follows immediately that

the set of functionsD ⊂ PW1
π, for which (3) holds, is a residual set.

However, the divergence is only given in terms of thelim sup. In a sense this is a weak notion of

divergence, because it merely guarantees the existence of asubsequence{Nn}n∈N of the natural numbers

such thatlimn→∞ PNn
f = ∞ for a certainf ∈ D. This leaves the possibility that there is a different

subsequence{N∗
n}n∈N such thatlimn→∞ PN∗

n
f = 0.

This possibility was discussed in [12], and two conceivablesituations were phrased in two questions.

Question Q1:

Does there, for everyf ∈ PW1
π, exist a subsequence{Nn}n∈N = {Nn(f)}n∈N of the natural numbers

such thatsupn∈N PNn
f < ∞?

Question Q2:

Does there exist a subsequence{Nn}n∈N of the natural numbers such thatsupn∈N PNn
f < ∞ for all

f ∈ PW1
π?

September 1, 2018 DRAFT
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Note that the subsequence{Nn(f)}n∈N in Question Q1 can depend on the functionf that shall be

reconstructed. Thus, the reconstruction processSNn(f) is adapted to the functionf . The problem of

finding an index sequence, depending on the functionf , that is suitable for achieving the desired goal, is

the task of adaptive signal processing. In our case it is the adaptive reconstruction off from measurement

values. Adaptive signal processing covers most of the practical important applications.

In contrast, the subsequence{Nn}n∈N in Question Q2 is universal in the sense that it does not depend

on f . Obviously, a positive answer to Question Q2 implies a positive answer to Question Q1.

This brings us to the notion of strong divergence. We say thata sequence{an}n∈N ⊂ R diverges

strongly if limn→∞|an| = ∞. Clearly this is a stronger statement thanlim supn→∞|an| = ∞, because

in case of strong divergence we havelimn→∞|aNn
| = ∞ for all subsequences{Nn}n∈N of the natural

numbers.

So, if PNf is strongly divergent for allf ∈ PW1
π, then Question Q1 and consequently Question Q2

have to be answered in the negative.

Divergence results as in (3) are usually proved by using the uniform boundedness principle, which is

also known as Banach–Steinhaus theorem [2]. As an immediateconsequence, the obtained divergence

is in terms of thelim sup and not a statement about strong divergence. However, the strength of the

uniform boundedness principle is that the divergence statement holds not only for a single function but

immediately for a large set of functions: the set of all functions for which we have divergence is a residual

set.

Since the publication of Banach and Steinhaus [2], [1], the Banach–Steinhaus theory has been developed

further and has today become an important part of functionalanalysis. There also have been efforts to

extend the Banach–Steinhaus theory into different directions [38], [18], [19], [40], [32]. However, these

extensions do not cover Question Q1, that is, they provide notools to analyze adaptive signal processing

techniques in the sense of Question Q1. Next, we will furtherdiscuss Question Q1 and the difference to

the Banach–Steinhaus theory.

It is tempting to try to use the uniform boundedness principle to prove that the answer to Question

Q1 is no. LetN = {Nn}n∈N be a subsequence of the natural numbers. Then the uniform boundedness

principle states the existence of a residual setD(N) ⊂ PW1
π such that

lim sup
n→∞

PNn
f = ∞

September 1, 2018 DRAFT
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for all f ∈ D(N). If we could prove that

⋂

N is a subsequence ofN

D(N) 6= ∅,

then the answer to Question Q1 would be no. However, the set ofall subsequences ofN contains

uncountably many elements, and the uncountable intersection of residuals set may be empty. Hence, we

cannot use this approach to prove strong divergence. In Section VIII-A we will see an example where

we have this situation.

In [3] it has been proved, using a different proof technique,that there exists a functionf ∈ PW1
π such

thatPNf diverges strongly, i.e., thatlimN→∞ PNf = ∞. Hence, neither Question Q1 nor Question Q2

can be answered in the affirmative for the Shannon sampling series. Moreover in [3], the authors posed

a question about the divergence speed ofPNf that we will answer in Section IV.

It is interesting to note that the application of the uniformboundedness principle does not require a

deep analysis of the approximation processSNf . A simple evaluation of the operator norm

‖SN‖ = sup
f∈PW1

π,
‖f‖

PW1
π
=1

‖SNf‖∞

is sufficient.

It would be desirable to have a theorem, analogous to the uniform boundedness theorem, that can be

used to prove strong divergences. Currently, little is known about the structure of this problem, and it

is unclear whether such a theorem can exist [1], [40], [32]. Due to the lack of such a theory, we need

to develop proof strategies which are tailored to the specific situation of the different approximation

processes in order to show strong divergence.

After publication of [3], the first author noticed that Paul Erdős analyzed similar questions for the

Lagrange interpolation on Chebyshev nodes [21]. However, in [22] Erdős observed that his own proof

was erroneous, and he was not able to present a correct proof.It seems that the original problem is still

open.

B. System Approximation

A more general problem than the reconstruction problem, where the goal is to reconstruct a bandlimited

functions f from its samples{f(k)}k∈Z, is the system approximation problem, where the goal is to

approximate the outputTf of a stable LTI systemT from the samples{f(k)}k∈Z of the input function

f . This is the situation that is encountered in digital signalprocessing applications, where the interest

is not in the reconstruction of a signal, but rather in the implementation of a system, i.e, the interest is

September 1, 2018 DRAFT
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in some transformationTf of the sampled input signalf . For discussions of the significance of signal

processing as the basis of our digital information age, see for example [9] and references therein.

We briefly review some basic definitions and facts about stable linear time-invariant (LTI) systems.

A linear systemT : PWp
π → PWp

π, 1 ≤ p ≤ ∞, is called stable if the operatorT is bounded, i.e.,

if ‖T‖ = sup‖f‖
PW

p
π
≤1‖Tf‖PWp

π
< ∞. Furthermore, it is called time-invariant if(Tf( · − a))(t) =

(Tf)(t− a) for all f ∈ PWp
π andt, a ∈ R. For every stable LTI systemT : PW1

π → PW1
π, there exists

exactly one function̂hT ∈ L∞[−π, π] such that

(Tf)(t) =
1

2π

∫ π

−π
f̂(ω)ĥT (ω) e

iωt dω, t ∈ R, (4)

for all f ∈ PW1
π [7]. Conversely, every function̂hT ∈ L∞[−π, π] defines a stable LTI systemT :

PW1
π → PW1

π. The operator norm of a stable LTI systemT is given by‖T‖ = ‖ĥ‖L∞[−π,π]. Furthermore,

it can be shown that the representation (4) withĥT ∈ L∞[−π, π] is also valid for all stable LTI systems

T : PW2
π → PW2

π. Therefore, every stable LTI system that mapsPW1
π in PW1

π mapsPW2
π in PW2

π,

and vice versa. Note that̂hT ∈ L∞[−π, π] ⊂ L2[−π, π], and consequentlyhT ∈ PW2
π.

Similar to the Shannon sampling series (1), which was used inthe function reconstruction problem,

we can use the approximation process
∞
∑

k=−∞

f(k)hT (t− k) (5)

in the system approximation problem. In order to analyze theconvergence behavior of (5), we introduce

the abbreviation

(TNf)(t) :=

N
∑

k=−N

f(k)hT (t− k). (6)

As already mentioned before, for certain functions inf ∈ PW1
π, the peak value of the reconstruction

process‖SNf‖∞ diverges strongly asN tends to infinity. However, in the case of oversampling, i.e.,

the case where the sampling rate is higher than Nyquist rate,the function reconstruction processSNf

converges globally uniformly [4]. This is a situation whereoversampling helps improve the convergence

behavior, consistent with engineering intuition. In contrast, the convergence behavior of the system

approximation process (5) does not improve with oversampling [7]: for everyt ∈ R and everyσ ∈ (0, π]

there exist stable LTI systemsT : PW1
π → PW1

π and functionsf ∈ PW1
σ such that

lim sup
N→∞

|(Tf)(t)− (TNf)(t)| = ∞.

In this paper we want to refine the Questions Q1 and Q2 and analyze five questions:

1) Do we have the same strong divergence for the system approximation processTNf?

September 1, 2018 DRAFT
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2) Is it possible to obtain quantitative results about the divergence speed?

3) What happens in the case of oversampling?

4) What are the cases where no strong divergence can occur, and how can they be characterized?

5) How large is the set of functions with strong divergence?

We will treat the fifth question only briefly in Section VIII, where we present one example where the

set of functions with strong divergence is empty and two examples where this set is a residual set. In

general, the answer to this question is unknown.

IV. B EHAVIOR OF THE CONJUGATED SHANNON SAMPLING SERIES AND THE SHANNON SAMPLING

SERIES

In this section we analyze the behavior of conjugated Shannon sampling series and the Shannon

sampling series. We first study the conjugated Shannon sampling series with critical sampling at Nyquist

rate, i.e., the case without oversampling, and show that theanswer to Question Q1 is negative in this

case. To this end, letSNf denote the finite Shannon sampling series as defined in (2), and

(HNf)(t) := (HSNf)(t) =

N
∑

k=−N

f(k)
1− cos(π(t− k))

π(t− k)
(7)

the conjugated finite Shannon sampling series.H denotes the Hilbert transform which is defined as the

principal value integral

(Hf)(t) =
1

π
V.P.
∫ ∞

−∞

f(τ)

t− τ
dτ =

1

π
lim
ǫ→0

∫

ǫ≤|t−τ |≤ 1

ǫ

f(τ)

t− τ
dτ.

The Hilbert transform is of enormous practical significanceand plays a central role in the analysis of

signal properties [24], [34], [39], [25], [30], [29], [31].For further applications, see for example [36] and

references therein.

It is well-known thatHNf converges locally uniformly toHf asN tends to infinity, that is, forτ > 0

we have

lim
N→∞

(

max
|t|≤τ

|(Hf)(t)− (HNf)(t)|
)

= 0.

The next theorem gives an answer about the global behavior of(7).

Theorem 1. Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero. There exists

a functionf1 ∈ PW1
π such that

lim
N→∞

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

f1(k)
1− cos(π(t− k))

π(t− k)

))

= ∞

September 1, 2018 DRAFT
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and

lim
N→∞

1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

f1(k)
1 − cos(π(t− k))

π(t− k)

))

= −∞.

Proof: Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero, andǭN =

maxM≥N ǫM , N ∈ N. Note that̄ǫN ≥ ǫN for all N ∈ N. Further, let{Nk}k∈N be a strictly monotonically

increasing sequence of natural numbers, such thatǭNk
> ǭNk+1

, k ∈ N. We setδk =
√
ǭNk

− √
ǭNk+1

,

k ∈ N. It follows that δk > 0 for all k ∈ N and that
∞
∑

k=1

δk =
√

ǭN1
< ∞. (8)

For N ∈ N we define the functions

wN (t) =

∞
∑

k=−∞

wN (k)
sin(π(t− k))

π(t− k)
, t ∈ R,

wherewN (k) is given by

wN (k) =



























1, |k| ≤ N,

1− |k|−N
N , N < |k| < 2N,

0, |k| ≥ 2N.

Note that we havewN ∈ PW1
π and‖wN‖PW1

π
< 3 for all N ∈ N [5]. Based onwN we define function

f1 =

∞
∑

k=1

δkwNk+1
. (9)

Since‖δkwNk+1
‖PW1

π
< 3δk and because of (8), it follows that the partial sums of the series in (9) form

a Cauchy sequence inPW1
π, and thus the series in (9) converges in thePW1

π-norm and consequently

uniformly onR. Let N ∈ N be arbitrary but fixed. FortN = N + 1, it follows that

N
∑

l=−N

f1(l)
1− cos(π(tN − l))

π(tN − l)
=

N
∑

l=−N

f1(l)
1 − (−1)N+1−l

π(N + 1− l)
. (10)

There exists exactly onêk ∈ N such thatN ∈ [Nk̂, Nk̂+1). We have

N
∑

l=−N

f1(l)
1 − (−1)N+1−l

π(N + 1− l)
=

∞
∑

k=1

δk
π

N
∑

l=−N

wNk+1
(l)

1 − (−1)N+1−l

N + 1− l

≥
∞
∑

k=k̂

δk
π

N
∑

l=−N

wNk+1
(l)

1 − (−1)N+1−l

N + 1− l

=

∞
∑

k=k̂

δk
π

N
∑

l=−N

1− (−1)N+1−l

N + 1− l
, (11)

September 1, 2018 DRAFT
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where we used thatwNk+1
(l) = 1 for all k ≥ k̂ and all |l| ≤ N . Further, we have

∞
∑

k=k̂

δk
π

N
∑

l=−N

1− (−1)N+1−l

N + 1− l
=

1

π

∞
∑

k=k̂

δk

2N+1
∑

l=1

1− (−1)l

l

=
1

π

∞
∑

k=k̂

δk

N
∑

l=0

2

2l + 1

≥ 1

π
log(2N + 3)

∞
∑

k=k̂

δk

=
1

π
log(2N + 3)

√

ǭNk̂

≥ 1

π
ǫN log(N)

1√
ǫN

(12)

becauseN ≥ Nk̂ and thus
√
ǭNk̂

≥ √
ǫNk̂

≥ √
ǫN . From (10)–(12), we see that

N
∑

l=−N

f1(l)
1 − cos(π(tN − l))

π(tN − l)
≥ 1

π
ǫN log(N)

1√
ǫN

for all N ∈ N, which in turn implies that

lim
N→∞

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

f1(k)
1 − cos(π(t− k))

π(t− k)

))

= ∞.

The second assertion

lim
N→∞

1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

f1(k)
1− cos(π(t− k))

π(t− k)

))

= −∞

is proved by choosingtN = −N − 1 instead oftN = N + 1.

Next, we analyze the oversampling case for the conjugated Shannon sampling series, i.e., we treat

question 3 from Section III-B.

For the Shannon sampling series the convergence behavior inthe case of oversampling is clear: we

have global uniform convergence [4]. However, this is not true for the conjugated Shannon sampling

series as the next theorem shows.

Theorem 2. Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero. For every

σ ∈ (0, π] there exists a functionfσ ∈ PW1
σ such that

lim
N→∞

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

fσ(k)
1− cos(π(t− k))

π(t− k)

))

= ∞

and

lim
N→∞

1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

fσ(k)
1− cos(π(t− k))

π(t− k)

))

= −∞.
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Theorem 2 shows that in the case of oversampling, we have the same divergence behavior and speed

that was observed in Theorem 1, i.e, the case without oversampling. That is, if we use oversampling as

in Theorem 2, we have no improvement. Of course, due to oversampling, we have the freedom to use

better, faster decaying kernels than those in Theorem 2. We will analyze this situation in Section V.

Proof: Let σ ∈ (0, π] be arbitrary but fixed. Further, let{ǫN}N∈N be an arbitrary sequence of positive

numbers converging to zero, andǭN = maxM≥N ǫM , N ∈ N. Let {Nk}k∈N be a strictly monotonically

increasing sequence of natural numbers, such thatǭNk
> ǭNk+1

, k ∈ N. We setδk =
√
ǭNk

− √
ǭNk+1

,

k ∈ N. For the proof we use the functionf1 from Theorem 1, which is defined in (9). Let

f̂σ(ω) =











f̂1(ω), |ω| < σ,

0, σ ≤ |ω| ≤ π

and

r̂σ(ω) =











0, |ω| < σ,

f̂1(ω), σ ≤ |ω| ≤ π.

Since

ŵNk+1
(ω) = 2KF

2Nk+1
(ω)−KF

Nk+1
(ω),

whereKF
N (ω) denotes the Fejér kernel

KF
N (ω) =

1

N

sin2
(

Nω
2

)

sin2
(

ω
2

) ,

we see that, forω ∈ [−π,−σ] ∪ [σ, π], we have

|δkŵNk+1
(ω)| ≤ 3δk

Nk+1 sin
2
(

σ
2

) .

Further, since
∞
∑

k=1

3δk

Nk+1 sin
2
(

σ
2

) < ∞,

it follows that
∞
∑

k=1

δkŵNk+1

converges uniformly on[−π,−σ]∪ [σ, π], and hence defines a continuous limit functionĝ on [−π,−σ]∪
[σ, π]. It follows that ĝ ∈ L2([−π,−σ] ∪ [σ, π]). We already know from the proof of Theorem 1 that

lim
N→∞

∫ π

−π

∣

∣

∣

∣

∣

f̂1(ω)−
N
∑

k=1

δkŵNk+1
(ω)

∣

∣

∣

∣

∣

dω = 0. (13)

September 1, 2018 DRAFT



PROBLEMS OF INFORMATION TRANSMISSION 11

Thus, we have
∫

σ≤|ω|≤π
|f̂1(ω)− ĝ(ω)| dω =

∫

σ≤|ω|≤π

∣

∣

∣

∣

∣

f̂1(ω)− lim
N→∞

N
∑

k=1

δkŵNk+1
(ω)

∣

∣

∣

∣

∣

dω

= lim
N→∞

∫

σ≤|ω|≤π

∣

∣

∣

∣

∣

f̂1(ω)−
N
∑

k=1

δkŵNk+1
(ω)

∣

∣

∣

∣

∣

dω

= 0,

where we used Lebesgue’s dominated convergence theorem in the second to last and (13) in the last

equality. This shows that̂f1 = ĝ almost everywhere on[−π,−σ] ∪ [σ, π]. Hence, using the definition

of r̂σ, we see that̂rσ = f̂1 = ĝ almost everywhere on[−π,−σ] ∪ [σ, π]. Since r̂σ(ω) = 0 for all

ω ∈ (−σ, σ), it follows that r̂σ ∈ L2[−π, π], which in turn implies thatrσ ∈ PW2
π. Knowing that

rσ ∈ PW2
π, it follows that

∣

∣

∣

∣

∣

N
∑

k=−N

rσ(k)
1− cos(π(t− k))

π(t− k)

∣

∣

∣

∣

∣

≤ ‖rσ‖PW2
π

for all N ∈ N and t ∈ R, which in turn implies
∣

∣

∣

∣

∣

N
∑

k=−N

f1(k)
1− cos(π(t− k))

π(t− k)
−

N
∑

k=−N

fσ(k)
1 − cos(π(t− k))

π(t− k)

∣

∣

∣

∣

∣

≤ ‖rσ‖PW2
π

for all N ∈ N and t ∈ R. It follows that

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

fσ(k)
1− cos(π(t− k))

π(t− k)

))

≥ 1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

f1(k)
1− cos(π(t− k))

π(t− k)

)

− ‖rσ‖PW2
π

)

as well as

1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

fσ(k)
1− cos(π(t− k))

π(t− k)

))

≤ 1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

f1(k)
1− cos(π(t− k))

π(t− k)

)

+ ‖rσ‖PW2
π

)

,

which, together with Theorem 1, completes the proof.

Next, we come to the Shannon sampling series for the case of critical sampling at Nyquist rate. In [3]

it has been proved that there exists a functionf ∈ PW1
π such that‖SNf‖∞ diverges strongly, i.e., that

limN→∞‖SNf‖∞ = ∞, and thus shown that the answer to Question Q1 is negative. However, in [3]

the authors also raised a question regarding the divergenceorder. Using the functionf1 from the proof

of Theorem 1, it is possible to answer this question.
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Theorem 3. Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero. There exists

a functionf2 ∈ PW1
π such that

lim
N→∞

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

f2(k)
sin(π(t− k))

π(t− k)

))

= ∞

and

lim
N→∞

1

ǫN log(N)

(

min
t∈R

(

N
∑

k=−N

f2(k)
sin(π(t− k))

π(t− k)

))

= −∞.

Theorem 3 shows that for the Shannon sampling series it is possible to have strong divergence with

order ǫN log(N) for all zero sequencesǫN .

Proof: Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero, andǭN =

maxM≥N ǫM , N ∈ N. Let {Nk}k∈N be a strictly monotonically increasing sequence of naturalnumbers,

such that̄ǫNk
> ǭNk+1

, k ∈ N. We setδk =
√
ǭNk

−√
ǭNk+1

, k ∈ N. For the proof we use the functionf1

from Theorem 1, which is defined in (9). LetF1(e
iω) = f1(ω), ω ∈ [−π, π), andF2(e

iω) = F1(e
i(ω+π)),

ω ∈ R. We haveF1 ∈ L1(∂D) and consequentlyF2 ∈ L1(∂D), whereL1(∂D) denotes the set of

Lebesgue measurable functionsF on the unit circle satisfying

1

2π

∫ π

−π
|F (eiω)| dω < ∞.

Further, let

f2(t) =
1

2π

∫ π

−π
F2(e

iω) eiωt dω.

It follows that f2 ∈ PW1
π, ‖f2‖PW1

π
= ‖f1‖PW1

π
< ∞, and

f2(k) =
1

2π

∫ π

−π
F2(e

iω) eiωk dω

=
1

2π

∫ π

−π
F1(e

i(ω+π)) eiωk dω

= (−1)k
1

2π

∫ 2π

0
F1(e

iξ) eiξk dξ

= (−1)kf1(k).
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For N ∈ N, N even, andtN = N + 1/2 we have

N
∑

k=−N

f2(k)
sin(π(tN − k))

π(tN − k)
=

N
∑

k=−N

f2(k)
sin(π(N + 1

2 − k))

π(N + 1
2 − k)

=
1

π

N
∑

k=−N

(−1)kf1(k)
(−1)k

π(N + 1
2 − k)

=
1

π

N
∑

k=−N

f1(k)
1

N + 1
2 − k

≥ 1

π

N
∑

k=−N

f1(k)
1

N + 3
2 − k

, (14)

becausef1(k) ≥ 0 for all k ∈ Z. For N ∈ N, N odd, andtN = N + 3/2 we have

N
∑

k=−N

f2(k)
sin(π(tN − k))

π(tN − k)
=

N
∑

k=−N

f2(k)
sin(π(N + 3

2 − k))

π(N + 3
2 − k)

=
1

π

N
∑

k=−N

(−1)kf1(k)
(−1)k

π(N + 3
2 − k)

=
1

π

N
∑

k=−N

f1(k)
1

N + 3
2 − k

. (15)

Hence, we see from (14) and (15) that

max
t∈R

(

N
∑

k=−N

f2(k)
sin(π(t− k))

π(t− k)

)

≥ 1

π

N
∑

k=−N

f1(k)
1

N + 3
2 − k

(16)

for all N ∈ N. Using the same calculation as in the proof of Theorem 1, it isshown that

1

π

N
∑

k=−N

f1(k)
1

N + 3
2 − k

≥ 1

π
ǫN log(N)

1√
ǫN

. (17)

From (16) and (17) it follows that

lim
N→∞

1

ǫN log(N)

(

max
t∈R

(

N
∑

k=−N

f2(k)
sin(π(t− k))

π(t− k)

))

= ∞,

which proves the first assertion of the theorem. The second assertion is proved similarly by choosing

tN = N +3/2 instead oftN = N +1/2 in (14) andtN = N +1/2 instead oftN = N +3/2 in (15).

In the next section we analyze the use of more general kernels.

V. OVERSAMPLING WITH KERNELS

We now come back to the situation where we know the functionf on an oversampling set. In Theorem 2

we already studied the oversampling case for the conjugatedShannon sampling series and observed that
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mere oversampling with the standard kernel does not remove the divergence. However, the redundance

introduced by oversampling allows us to use other, faster decaying kernels. This introduces a further

degree of freedom that can be employed for adaptivity. In addition to the subsequence{Nn}n∈N, we

now can also choose the reconstruction kernel dependently on the signalf . Thus, question Q1 can be

extended in the case of oversampling to also include the adaptive choice of the kernel. We will show in

this section that for any amount of oversampling the extended question Q1 has to be answered negatively.

That is, even the joint optimization of the choice of the subsequence{Nn}n∈N and the reconstruction

kernel cannot circumvent the divergence.

We first consider the function reconstruction problem. In the oversampling case, it is possible to create

absolutely convergent sampling series by using other kernels than thesinc-kernel [14], [20], [16]. In

particular, all kernelsφ in the setM(a), which is defined next, can be used.

Definition 1. M(a), a > 1, is the set of functionsφ ∈ B1
aπ with φ̂(ω) = 1/a for |ω| ≤ π.

The functions inM(a), a > 1, are suitable kernels for the sampling series, because for all f ∈ PW1
π

anda > 1 we have

lim
N→∞

max
t∈R

∣

∣

∣

∣

∣

f(t)−
N
∑

k=−N

f

(

k

a

)

φ

(

t− k

a

)

∣

∣

∣

∣

∣

= 0

if φ ∈ M(a).

We introduce the abbreviation

(Ha
N,φf)(t) :=

N
∑

k=−N

f

(

k

a

)

(Hφ)

(

t− k

a

)

.

Theorem 4. Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero. There exists

a universal functionf1 ∈ PW1
π such that for alla > 1 and for all φ ∈ M(a) we have

lim
N→∞

1

ǫN log(N)
max
t∈R

(Ha
N,φf1)(t) = ∞

and

lim
N→∞

1

ǫN log(N)
min
t∈R

(Ha
N,φf1)(t) = −∞.

Theorem 4 shows that it is possible to have strong divergencewith order ǫN log(N) for all zero

sequencesǫN even in the case of oversampling.

Remark1. We have the following result. Leta > 1 be arbitrary. For everyφ ∈ M(a) there exists a

constantC1 such that

‖Ha
N,φf‖∞ ≤ C1 log(N)‖f‖PW1

π
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ω

1

π

2
−

π

2

π
−π aπ

−aπ

q̂1 q̂2

Fig. 1. Definition of q̂1 (solid line) andq̂2 (dashed line).

for all N ≥ 2 and allf ∈ PW1
π. It follows that

lim
N→∞

‖Ha
N,φf‖∞

log(N)
= 0.

This shows how sharp the result in Theorem 4 is. Note that the same result is also true for Theorems

1–3.

Remark2. As already mentioned, Erdős analyzed the question of strong divergence for the Lagrange

interpolation on Chebyshev nodes in [21]. There, for continuous functions, a similarlog(N) upper bound,

as in Remark 1, holds for the maximum norm of the Lagrange interpolation polynomials. The original

problem that was formulated in [21] is still open. However, an analysis of the behavior of Lagrange

interpolation polynomials indicates that even if strong divergences occurs, a statement like in Theorem 3

about theǫN log(N) divergence speed cannot hold, i.e., it is not possible to getarbitrarily “close” to

log(N) divergence.

The proof of Theorem 4 uses some techniques and the followinglemma from [6].

Lemma 1. For all a > 1, f ∈ PW1
π, N ∈ N and |t| ≥ (N + 1)/a we have

N
∑

k=−N

∣

∣

∣

∣

f

(

k

a

)

r

(

t− k

a

)
∣

∣

∣

∣

< a2‖f‖∞,

where

r(t) :=
2

π2t2

(

sin(πt)− sin
(π

2
t
))

.

Proof of Theorem 4:Let a > 1 be arbitrary but fixed. Furthermore, letq̂1 and q̂2 be the functions

defined in Figure 1 andφ ∈ M(a) some arbitrary reconstruction kernel. Then we have

φ = φ ∗ q1 + φ ∗ q2 = q1 + φ ∗ q2

and

Hφ = Hq1 +H(φ ∗ q2) = Hq1 + φ ∗ (Hq2).
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SinceHq2 ∈ L1(R), it follows that s := φ ∗ (Hq2) ∈ L1(R). Moreover, forN ∈ N andf ∈ PW1
π we

have

∣

∣(Ha
N,φf)(t)− (Ha

N,q1f)(t)
∣

∣

=

∣

∣

∣

∣

∣

N
∑

k=−N

f

(

k

a

)

(Hφ)

(

t− k

a

)

−
N
∑

k=−N

f

(

k

a

)

(Hq1)

(

t− k

a

)

∣

∣

∣

∣

∣

=

∣

∣

∣

∣

∣

N
∑

k=−N

f

(

k

a

)

s

(

t− k

a

)

∣

∣

∣

∣

∣

≤
N
∑

k=−N

∣

∣

∣

∣

f

(

k

a

)
∣

∣

∣

∣

∣

∣

∣

∣

s

(

t− k

a

)
∣

∣

∣

∣

≤ ‖f‖∞
∞
∑

k=−∞

∣

∣

∣

∣

s

(

t− k

a

)
∣

∣

∣

∣

≤ C2‖f‖∞‖s‖B1
aπ
, (18)

where we used Nikol’skĭı’s inequality [28, p. 49] in the last step. Forτ 6= 0 we can simplify(Hq1)(τ),

using integration by parts, according to

(Hq1)(τ) =
1

2π

∫ π

−π
−i sgn(ω)q̂1(ω) e

iωτ dω

=
1

π

∫ π

0
sin(ωτ)q̂1(ω) dω

=
1

πτ
− r(τ),

where

r(τ) :=
2

π2τ2

(

sin(πτ)− sin
(π

2
τ
))

.

For |t| ≥ (N + 1)/a we thus obtain

(Ha
N,q1f)(t) =

N
∑

k=−N

f

(

k

a

)

1

π
(

t− k
a

) −
N
∑

k=−N

f

(

k

a

)

r

(

t− k

a

)

,

and since
∣

∣

∣

∣

∣

N
∑

k=−N

f

(

k

a

)

r

(

t− k

a

)

∣

∣

∣

∣

∣

< a2‖f‖∞

by Lemma 1, it follows that

(Ha
N,q1f)(t) >

N
∑

k=−N

f

(

k

a

)

1

π
(

t− k
a

) − a2‖f‖∞. (19)
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Combining (18) and (19) we see that

(Ha
N,φf)(t) ≥ (Ha

N,q1f)(t)− C2‖f‖∞‖s‖B1
aπ

>

N
∑

k=−N

f

(

k

a

)

1

π
(

t− k
a

) − (a2 + C2‖s‖B1
aπ
)‖f‖∞ (20)

for all |t| ≥ (N + 1)/a and allf ∈ PW1
π. Hence, it suffices to concentrate the analysis on

N
∑

k=−N

f

(

k

a

)

1

π
(

t− k
a

)

in the following.

Let {ǫN}N∈N be an arbitrary sequence of positive numbers converging to zero, and̄ǫN = maxM≥N ǫM ,

N ∈ N. Note thatǭN ≥ ǫN for all N ∈ N. Further, let{Nk}k∈N be a strictly monotonically increasing

sequence of natural numbers, such thatǭNk
> ǭNk+1

, k ∈ N. We setδk =
√
ǭNk

− √
ǭNk+1

, k ∈ N. It

follows thatδk > 0 for all k ∈ N and
∞
∑

k=1

δk =
√

ǭN1
< ∞. (21)

For M ∈ N we consider the functions

gM (t) =

(

sin
(

π
M t
)

π
M t

)2

.

Note that‖gM‖PW1
π
= 1 for all M ∈ N. Let {Mk}k∈N be a sequence of monotonically increasing natural

numbers, such thatgMk
(t) ≥ 1/2 for |t| ≤ Nk+1, k ∈ N. We define the function

f1 =

∞
∑

k=1

δkgMk
. (22)

Since‖δkgMk
‖PW1

π
= δk and because of (21), it follows that the series in (22) converges in thePW1

π-

norm and consequently uniformly onR.

Let N ∈ N be arbitrary but fixed. There exists exactly onek̂ ∈ N such thatN ∈ [Nk̂, Nk̂+1). Since

δk > 0 andgMk
(t) ≥ 0 for all t ∈ R and allk ∈ N, we have, fort(1)N = (N + 1)/a, that

N
∑

l=−N

f1

(

l

a

)

1

π
(

t
(1)
N − l

a

) ≥
N
∑

l=−N

∞
∑

k=k̂

δkgMk

(

l

a

)

1

π
(

t
(1)
N − l

a

)

≥ 1

2

∞
∑

k=k̂

δk

N
∑

l=−N

1

π
(

t
(1)
N − l

a

) ,

where we used in the second inequality that

gMk

(

l

a

)

≥ 1

2
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for all k ≥ k̂ and all |l| ≤ N . It follows that

N
∑

l=−N

f1

(

l

a

)

1

π
(

t
(1)
N − l

a

) ≥ 1

2

∞
∑

k=k̂

δk

N
∑

l=−N

1

π
(

N+1
a − l

a

)

=
a

2π

∞
∑

k=k̂

δk

2N+1
∑

l=1

1

l

≥ a

2π
log(2N + 2)

∞
∑

k=k̂

δk

=
a

2π
log(2N + 2)

√

ǭNk̂

≥ a

2π
ǫN log(N)

1√
ǫN

, (23)

becauseN ≥ Nk̂ and thus
√
ǭNk̂

≥ √
ǫNk̂

≥ √
ǫN . From (23) we see that

lim
N→∞

1

ǫN log(N)

N
∑

l=−N

f1

(

l

a

)

1

π
(

t
(1)
N − l

a

) = ∞.

Thus, it follows from (20) that, for arbitrarya > 1 andφ ∈ M(a), we have

lim
N→∞

1

ǫN log(N)
max
t∈R

(Ha
N,φf1)(t) = ∞.

Following the same line of reasoning it is shown that, fort
(2)
N = −(N + 1)/a, we have

lim
N→∞

1

ǫN log(N)

N
∑

l=−N

f1

(

l

a

)

1

π
(

t
(2)
N − l

a

) = −∞,

and consequently

lim
N→∞

1

ǫN log(N)
min
t∈R

(Ha
N,φf1)(t) = −∞.

As explained in the introduction, it is interesting and alsoimportant for applications to analyze the

general question when and why strong divergence occurs. We have already seen several cases in this

paper where strong divergence emerged, however a general theory is missing.

VI. POINTWISE CONVERGENCEBEHAVIOR

In Sections IV and V we analyzed the global behavior of the reconstruction and approximation

processes. In this section we will study the pointwise behavior of the system approximation process

for fixed t ∈ R, i.e., the quantity of interest is(TNf)(t). We want to know if Question Q1 has to be
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answered negatively in this case. It will turn out that the situation is different, and that Question Q1 has

a positive answer for all stable LTI systemsT and all t ∈ R.

Let TN,tf := (TNf)(t). For t ∈ R we consider

‖TN,t‖∗ := sup
‖f‖

PW1
π
≤1

|(TNf)(t)|.

It is known that for everyt ∈ R there exists a stable LTI systemT 1 : PW1
π → PW1

π such that

lim sup
N→∞

‖T 1
N,t‖∗ = ∞.

Therefore, there exists a functionf1 ∈ PW1
π such that

lim sup
N→∞

|(T 1
Nf1)(t)| = ∞. (24)

This shows that for everyt ∈ R there exists a stable LTI systemT 1 : PW1
π → PW1

π and a function

f1 ∈ PW1
π such that the system approximation process(T 1

Nf1)(t) diverges weakly.

Note that (24) is true not only for equidistant sampling as in(6), but also for any sampling pattern

that is a complete interpolating sequence [9].

The question whether(TNf)(t) also converges strongly for some stable LTI systemT and function

f ∈ PW1
π is the topic of this section. It will turn out that strong divergence cannot occur in this case.

Thus weak divergence does not automatically imply strong divergence. Hence, for the approximation

process(TNf)(t), we can answer Question Q1 positively.

We first make a statement about the convergence of the Cesàromeans

1

M

M−1
∑

N=0

(TNf)(t). (25)

The following theorem shows that (25) converges globally uniformly, and consequently for fixedt ∈ R,

to (Tf)(t) asM tends to infinity.

Theorem 5. Let T : PW1
π → PW1

π be a stable LTI system. For allf ∈ PW1
π we have

lim
M→∞

max
t∈R

∣

∣

∣

∣

∣

(Tf)(t)− 1

M

M−1
∑

N=0

(TNf)(t)

∣

∣

∣

∣

∣

= 0.

Proof: Let T : PW1
π → PW1

π be a stable LTI system, arbitrary but fixed. Forf ∈ PW1
π, t ∈ R,

andN ∈ N0 = N ∪ {0} we have

(TNf)(t) =

N
∑

k=−N

f(k)hT (t− k)

=
1

2π

∫ π

−π
f̂(ω)

1

2π

∫ π

−π
ĥT (ω1)

N
∑

k=−N

eik(ω−ω1) eiω1t dω1 dω
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and it follows, forM ∈ N, that

1

M

M−1
∑

N=0

(TNf)(t)

=
1

2π

∫ π

−π
f̂(ω)

1

2π

∫ π

−π
ĥT (ω1) e

iω1t 1

M

M−1
∑

N=0

(

N
∑

k=−N

eik(ω−ω1)

)

dω1 dω

=
1

2π

∫ π

−π
f̂(ω)

1

2π

∫ π

−π
ĥT (ω1) e

iω1tKF
M (ω − ω1) dω1 dω, (26)

where

KF
M =

1

M

(

sin
(

Mx
2

)

sin
(

x
2

)

)2

, M ∈ N,

denotes the Fejér kernel. We haveKF
M (ω) ≥ 0 for all ω ∈ [−π, π] and

1

2π

∫ π

−π
KF

M (ω) dω = 1

for all M ∈ N. Since
∣

∣

∣

∣

1

2π

∫ π

−π
ĥT (ω1) e

iω1tKF
M (ω − ω1) dω1

∣

∣

∣

∣

≤ 1

2π

∫ π

−π
|ĥT (ω1)|KF

M (ω − ω1) dω1

≤ ‖T‖ 1

2π

∫ π

−π
KF

M (ω − ω1) dω1

= ‖T‖

for all ω ∈ [−π, π] and all t ∈ R, we see from (26) that
∣

∣

∣

∣

∣

1

M

M−1
∑

N=0

(TNf)(t)

∣

∣

∣

∣

∣

≤ ‖T‖‖f‖PW1
π

(27)

for all f ∈ PW1
π and all t ∈ R.

Let f ∈ PW1
π andǫ ∈ (0, 1) be arbitrary but fixed. There exists afǫ ∈ PW2

π such that

‖f − fǫ‖PW1
π
≤ ǫ.

Further, sincefǫ ∈ PW2
π, there exists a natural numberN0 = N0(ǫ), such that

max
t∈R

|(Tfǫ)(t)− (TNfǫ)(t)| < ǫ (28)
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for all N ≥ N0. For M ∈ N we have
∣

∣

∣

∣

∣

(Tf)(t)− 1

M

M−1
∑

N=0

(TNf)(t)

∣

∣

∣

∣

∣

=

∣

∣

∣

∣

∣

(Tf)(t)− (Tfǫ)(t) + (Tfǫ)(t)

− 1

M

M−1
∑

N=0

(TNfǫ)(t)−
1

M

M−1
∑

N=0

(TN (f − fǫ))(t)

∣

∣

∣

∣

∣

≤ |(Tf)(t)− (Tfǫ)(t)|+
∣

∣

∣

∣

∣

(Tfǫ)(t)−
1

M

M−1
∑

N=0

(TNfǫ)(t)

∣

∣

∣

∣

∣

+

∣

∣

∣

∣

∣

1

M

M−1
∑

N=0

(TN (f − fǫ))(t)

∣

∣

∣

∣

∣

≤ ‖T‖‖f − fǫ‖PW1
π
+

∣

∣

∣

∣

∣

1

M

M−1
∑

N=0

(Tfǫ)(t)− (TNfǫ)(t)

∣

∣

∣

∣

∣

+ ‖T‖‖f − fǫ‖PW1
π
, (29)

where we used (27) in the last inequality. For the second termon the right-hand side of (29) we obtain,

for M ≥ N0 + 1, that
∣

∣

∣

∣

∣

1

M

M−1
∑

N=0

(Tfǫ)(t)− (TNfǫ)(t)

∣

∣

∣

∣

∣

≤ 1

M

N0−1
∑

N=0

|(Tfǫ)(t)− (TNfǫ)(t)|+
1

M

M−1
∑

N=N0

|(Tfǫ)(t)− (TNfǫ)(t)|

≤ N0

M
max

0≤N≤N0−1
|(Tfǫ)(t)− (TNfǫ)(t)|

+
M −N0

M
max

N0≤N≤M−1
|(Tfǫ)(t)− (TNfǫ)(t)|

≤ N0

M
max
t∈R

max
1≤N≤N0−1

|(Tfǫ)(t)− (TNfǫ)(t)|+
M −N0

M
ǫ, (30)

where we used (28) in the last inequality. We chooseM0 ≥ N0 + 1 large enough such that

N0

M0
max
t∈R

max
1≤N≤N0−1

|(Tfǫ)(t)− (TNfǫ))(t)| < ǫ. (31)

From (29), (30), and (31) it follows that
∣

∣

∣

∣

∣

(Tf)(t)− 1

M

M−1
∑

N=0

(TNf)(t)

∣

∣

∣

∣

∣

< 2‖T‖ǫ + ǫ (32)

for all M ≥ M0 = M0(ǫ). Since the right-hand side of (32) is independent oft, the proof is complete.
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Now we can answer the question from the beginning of this section whether we also have strong

divergence for fixedt ∈ R in the system approximation case.

Theorem 6. Let T : PW1
π → PW1

π be a stable LTI system,t ∈ R, and f ∈ PW1
π. There exists a

monotonically increasing subsequence{Nk = Nk(t, f, T )}k∈N of the natural numbers such that

lim
k→∞

(TNk
f)(t) = (Tf)(t).

Theorem 6 immediately implies the following corollary about strong divergence.

Corollary 1. For fixed t ∈ R, all stable LTI systemsT : PW1
π → PW1

π, and all f ∈ PW1
π strong

divergence of(TNf)(t) is not possible.

Proof of Theorem 6: Let T : PW1
π → PW1

π be a stable LTI systems,t ∈ R, andf ∈ PW1
π, all

arbitrary but fixed. To simplify the presentation of the proof, we assume thatf andhT are real valued.

If this is not the case, the following calculations need to bedone separately for the real and imaginary

part.

From Theorem 5 we already know that

1

M

M−1
∑

N=0

(TNf)(t) (33)

converges asM tends to infinity, and that the limit is(Tf)(t). We distinguish two cases: first, the

sequence{(TNf)(t)}N∈N converges itself, and second,{(TNf)(t)}N∈N diverges.

We begin with the first case. If{(TNf)(t)}N∈N converges then it converges to the same limit as (33),

which is (Tf)(t). In this case the proof is already finished.

Now we treat the second case. We assume that{(TNf)(t)}N∈N is divergent. Then there exist two

extended real numbersa andA (a = −∞ andA = ∞ are possible) such that

lim inf
N→∞

(TNf)(t) = a

and

lim sup
N→∞

(TNf)(t) = A.

Note that we havea < A due to the assumed divergence of{(TNf)(t)}n∈N and the convergence of the

Cesàro means (33).

Next, we show that

a ≤ (Tf)(t) ≤ A. (34)
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If a = −∞ or A = ∞ then the corresponding inequality in (34) is trivially fulfilled. Hence, we only

have to show (34) fora > −∞ and A < ∞. Let ǫ > 0 be arbitrary. There exists a natural number

N0 = N0(ǫ) such that

(TNf)(t) > a− ǫ

and

(TNf)(t) < A+ ǫ

for all N ≥ N0. Thus, we have forM > N0 that

1

M

M−1
∑

N=0

(TNf)(t) =
1

M

N0−1
∑

N=0

(TNf)(t) +
1

M

M−1
∑

N=N0

(TNf)(t)

>
1

M

N0−1
∑

N=0

(TNf)(t) +
M −N0

M
(a− ǫ)

and

1

M

M−1
∑

N=0

(TNf)(t) <
1

M

N0−1
∑

N=0

(TNf)(t) +
M −N0

M
(A+ ǫ).

Taking the limitM → ∞ yields

(a− ǫ) ≤ (Tf)(t) ≤ (A+ ǫ).

Since this relation is true for allǫ > 0, we have proved (34).

Further, we have

(TNf)(t)− (TN−1f)(t) = f(N)hT (t−N) + f(−N)hT (t+N)

which implies

lim
N→∞

(TNf)(t)− (TN−1f)(t) = 0

by the Riemann–Lebesgue lemma [26, p. 105].

Next, we show that for everyL > 0 andµ > 0 there exists a natural number̂N with N̂ > L, such

that

(TN̂f)(t) ∈ [(Tf)(t)− 2µ, (Tf)(t) + 2µ].

This shows that we can find a monotonically increasing sequence {N̂k}k∈N such that

lim
k→∞

(TN̂k
f)(t) = (Tf)(t),
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and thus completes the proof. Letµ > 0 andL > 0 be arbitrary but fixed. We have to distinguish four

cases: 1)a > −∞ andA < ∞, 2) a > −∞ andA = ∞, 3) a = −∞ andA < ∞, and 4)a = −∞ and

A = ∞.

We start with case 1). There exists a natural numberN1 = N1(µ) > L such that

|(TN1
f)(t)− a| ≤ µ

2

and

|(TNf)(t)− (TN−1f)(t)| ≤
µ

2
(35)

for all N > N1. Further, there exists a natural numberN2 > N1 such that

|(TN2
f)(t)−A| ≤ µ

2
. (36)

Let R̃ be the smallest natural number such that

a+ R̃µ ≥ A.

If R̃ = 1, we haveA−a ≤ µ, which implies that(TN1
f)(t) ∈ [(Tf)(t)−2µ, (Tf)(t)+2µ], and the proof

is complete. Hence, we assumeR̃ ≥ 2. Forn ∈ [0, N2−N1] we analyze(TN1+nf)(t). Since we have (35)

and (36), andR̃ ≥ 2, it follows that there exists at least one indexn1 = n1(N1, N2, µ) ∈ [1, N2 −N1]

such that

(TN1+n1
f)(t) ∈

(

a+
µ

2
, a+

3

2
µ
]

. (37)

We chose the smallest of thesen1, if there exist more than one. If̃R = 2, we stop. IfR̃ ≥ 3 we continue.

Due to (35), (36), and (37) there exists at least one indexn2 = n2(N1, N2, µ) ∈ [n1, N2 −N1] such that

(TN1+n2
f)(t) ∈

(

a+
3

2
µ, a+

5

2
µ
]

.

We chose the smallestn2, if there exist more than one. We continue this procedure until we have con-

structed the numbersn1(N1, N2, µ), n2(N1, N2, µ), . . . ,nR̃−1(N1, N2, µ). Further, sincea ≤ (Tf)(t) ≤
A, there exists exactly one natural numberr∗ with 0 ≤ r∗ ≤ R̃ such that

(Tf)(t) ∈
(

a+
2r∗ − 1

2
µ, a+

2r∗ + 1

2
µ
]

.

It follows that

|(TN1+nr∗
f)(t)− (Tf)(t)| ≤ µ,

which completes the proof for case 1).
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Next, we treat case 2). Here have−∞ < (Tf)(t) ≤ A. We choose an arbitrary finite numberM such

thatM < (Tf)(t). It follows thatM < (Tf)(t) ≤ A. Let N1 be the smallest natural number such that

N1 = N1(µ) > L,

(TN1
f)(t) ≤ M,

and

|(TNf)(t)− (TN−1f)(t)| ≤
µ

2

for all N ≥ N1. Now, we execute the same calculation as in case 1), where we replacea by a′ =

(TN1
f)(t). This completes case 2). Case 3) is done analogously to case 2).

In case 4) we havea = −∞ andA = ∞. We choose two arbitrary finite numbersM1 andM2 such

thatM1 < (Tf)(t) < M2. Let N1 be the smallest natural number such thatN1 = N1(µ) > L,

(TN1
f)(t) ≤ M1,

and

|(TNf)(t)− (TN−1f)(t)| ≤
µ

2

for all N ≥ N1; and letN2 > N1 be the smallest natural number such that

(TN2
f)(t) ≤ M2,

and

|(TNf)(t)− (TN−1f)(t)| ≤
µ

2

Now, we execute the same calculation as in case 1), where we replacea by a′ = (TN1
f)(t) andA by

A′ = (TN2
f)(t). This completes case 4) and thus the whole proof.

Remark3. The proof of Theorem 6 shows that in the case where(TNf)(t) is divergent, there exists for

every real numberξ ∈ [a,A] a monotonically increasing subsequence{N̂k(ξ)}k∈N of the natural numbers

such that

lim
k→∞

(TN̂k(ξ)
f)(t) = ξ.

VII. B EHAVIOR OF THE THRESHOLD OPERATOR

The threshold operator, which is of importance in many applications, maps all values below some

threshold to zero. If applied to the samples of the Shannon sampling series, the series becomes

(Aδf)(t) :=
∑

|f(k)|≥δ

f(k)
sin(π(t− k))

π(t− k)
. (38)
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In (38), only samples that are larger than or equal to the thresholdδ are considered. Forf ∈ PW1
π and

fixed δ > 0, the sum in (38) has only finitely many summands, becauselim|t|→∞ f(t) = 0, according to

the lemma of Riemann–Lebesgue.

Like for the Shannon sampling seriesSNf , where the truncation is done by considering only the

samplesf(k) where|k| ≤ N , the convergence behavior ofAδf is of interest, as more and more samples

are used in the sum, i.e., asδ tends to zero. It has been shown thatAδf is not globally uniformly

convergent forPW1
π in general.

In this paper, we analyze the behavior of the Hilbert transform of (38), which is given by

(Ãδf)(t) := (HAδf)(t) =
∑

|f(k)|≥δ

f(k)
1− cos(π(t− k))

π(t− k)
,

for functionsf in PW1
π.

Theorem 7. There exist a functionf1 ∈ PW1
π such that

lim
δ→0

‖Ãδf1‖∞ = ∞.

Proof: We use the functionf1 from the proof of Theorem 1. We havef1(k) ≥ 0 andf(k) = f(−k)

for all k ∈ Z, as well asf1(k) ≥ f1(k + 1) for k ≥ 0 andf1(k − 1) ≤ f1(k) for k ≤ 0. Thus, for every

δ with 0 < δ < f1(0) there exists a natural numberN = N(δ) such that

(Ãδf1)(t) =

N(δ)
∑

k=−N(δ)

f1(k)
1− cos(π(t− k))

π(t− k)
.

Due to the properties off1 we havelimδ→0 N(δ) = ∞. This is a fixed subsequence. According to the

strong divergence, we have divergence for every subsequence.

VIII. D ISCUSSION

A. Divergence for Subsequences and Strong Divergence

Next, we treat question 4 from Section III-B.

It is possible to state an approximation process for the Hilbert transform for which the answer to

Question Q2 is negative but the answer to Question Q1 is positive. For this approximation process, the

question raised by Paul Erdős in [21] is to be answered negatively.

Let f be a continuous2π-periodic function and̃f := Hf the Hilbert transform off . We only consider

suchf for which f̃ is also continuous [11]. Equipped with the norm‖f‖B = ‖f‖∞ + ‖f̃‖∞, this space
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is a Banach space, which we denote byB. We would like to approximate functionsf ∈ B by their finite

Fourier series

(UNf)(t) :=
a0
2

+

N
∑

k=1

(ak cos(kt) + bk sin(kt)).

Then the Hilbert transform ofUNf is given by

(ŨNf)(t) :=

N
∑

k=1

(ak sin(kt)− bk cos(kt)).

We have

(UNf)(t) =
1

π

∫ π

−π
f(τ)DN (t− τ) dτ (39)

and

(ŨNf)(t) =
1

π

∫ π

−π
f(τ)D̃N (t− τ) dτ, (40)

whereDN denotes the Dirichlet kernel, and̃DN is given by

D̃N (t) =
cos
(

t
2

)

− cos
((

N + 1
2

)

t
)

sin
(

t
2

) .

For details, see for example [41, p 59].

For every subsequence{Nk}k∈N there exists a functionf1 ∈ B such that

lim sup
k→∞

∣

∣

∣
(ŨNk

f1)(t)
∣

∣

∣
= ∞.

This follows directly fromlimN→∞‖UN,t‖ = ∞, whereUN,tf := (UNf)(t), and the uniform bound-

edness theorem as discussed in Section III-A. However, we donot have strong divergence in this case.

Because of (39) and (40) we havẽUNf = UN f̃ . Sincef̃ is also continuous, there exists, for everyf in

B and everyt ∈ [−π, π), a subsequence{Nk}k∈N = {Nk(f, t)}k∈N such that

lim
k→∞

(ŨNk
f)(t) = f̃(t),

according to Fejér’s theorem [23].

This is an example where the set of functions for which we haveweak divergence is a residual set,

but where the set of functions for which we have strong divergence is empty, i.e., an example where the

uncountable intersection of residual sets is empty. This possibility was discussed in Section III-A.
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B. Strong Divergence for Residual Sets

In the following we want to gain a better understanding of question 5 in Section III-B by giving two

examples in which we have strong divergence for all functions from a residual set. It is important to

note that the general behavior for strong divergence is unknown. In particular, it is unclear if for strong

divergence we can have a similar situation as in the Banach–Steinhaus theorem, where weak divergence

for one function implies weak divergence for all functions from a residual set. In order to obtain the

results in this section we use very particular properties ofharmonic functions.

In the first example we consider the Hardy spaceH2 and the quantity of interest ismaxω∈[−π,π)|f(r eiω)|
asr tends to1. The spaceH2 consists of all holomorphic functionsf on the open unit diskD satisfying

‖f‖H2 := sup
0<r<1

(

1

2π

∫ π

−π
|f(r eiω)|2 dω

)
1

2

< ∞.

For 0 < r < 1 we define

Mr(f) := max
ω∈[−π,π)

|f(r eiω)|.

We have

‖Mr‖ = sup
‖f‖H2≤1

Mr(f) ≥ C3(ǫ)

∞
∑

n=1

1

n1/2+ǫ
rn,

where

C3(ǫ) =

(

1
∑∞

n=1
1

n1+2ǫ

)
1

2

.

It follows that

lim inf
r→1

‖Mr‖ ≥ C3(ǫ)

M
∑

n=1

1

n1/2+ǫ

for all M ∈ N, and consequently

lim
r→1

‖Mr‖ = ∞.

Thus, the set of functionsf ∈ H2 for which we have

lim sup
r→1

Mr(f) = ∞ (41)

is a residual setD. Let f1 ∈ H2 be an arbitrary function satisfying (41). According to the maximum

modulus principle, we have for0 < r1 < r2 < 1, that

Mr1(f1) ≤ Mr2(f1).

Hence, we havelimr→1Mr(f1) = lim supr→1Mr(f1) = ∞. This shows that we have strong divergence

for all functions in the residual setD.
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In the second example we consider the spaceC(∂D) of continuous functions on∂D, and the quantity

of interest ismaxω∈[−π,π)|(Hǫf)(e
iω)| as ǫ tends to0. Hǫ is defined by

(Hǫf)(e
iω) :=

1

2π

∫

ǫ<|ω1−ω|≤π

f(eiω1)

tan(ω−ω1

2 )
dω1.

Let

u(r, ω) :=
1

2π

∫ π

−π
f(eiω1)

1− r2

1− 2r cos(ω − ω1) + r2
dω1

denote the Poisson integral and

v(r, ω) :=
1

2π

∫ π

−π
f(eiω1)

r sin(ω − ω1)

1− 2r cos(ω − ω1) + r2
dω1

the conjugate Poisson integral [41]. There exists a constant C4 such that

|(Hǫf)(e
iω)− v(1 − ǫ, ω)| ≤ C4‖f‖C(∂D)

for all f ∈ C(∂D), where‖f‖C(∂D) = maxω∈[−π,π)|f(eiω)|. Thus, it follows that
∣

∣

∣

∣

max
ω∈[−π,π)

|(Hǫf)(e
iω)| − max

ω∈[−π,π)
|v(1− ǫ, ω)|

∣

∣

∣

∣

≤ C4‖f‖C(∂D)

for a universal constantC4. Let ω ∈ [−π, π) be fixed. Then the set of all functionsf ∈ C(∂D) with

lim sup
r→1

|v(r, ω)| = ∞

is a residual set [41]. According to the maximum principle for harmonic functions, it follows that

lim
r→1

max
ω∈[−π,π)

|v(r, ω)| = ∞. (42)

Since the set of function which satisfies (42) is a residual set, it follows that the set of functionsf ∈
C(∂D) with

lim
ǫ→0

max
ω∈[−π,π)

|(Hǫf)(e
iω)| = ∞

is a residual set.

Remark4.

1) For functionsf in the Hardy spaceH2, which was discussed in the first example, the Poisson

integral converges forr → 1 in theL2-norm to the functionf(eiω), ω ∈ [−π, π), i.e., we have

lim
r→1

1

2π

∫ π

−π
|u(r, ω) − f(eiω)|2 dω = 0.

The point evaluation operator off , which mapsH2 to C and which is defined byf 7→ f(eiω), is

unbounded (and only well-defined except for sets of Lebesguemeasure equal to zero).
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2) In the second example above, we discussed the Hilbert transform. Forf ∈ C(∂D), the Hilbert

transformHf is defined as aL2-function. In general the Hilbert transform is not bounded,i.e., we

have

sup
‖f‖C(∂D)≤1
f∈C∞(∂D)

‖Hf‖C(∂D) = ∞,

whereC∞(∂D) denotes the set of infinitely often differentiable functions on∂D.

In both examples, the unboundedness of the operators enables us to show strong divergence on a residual

set. In further studies [10], it became clear that the unboundedness of the operators is necessary to have

strong divergence for a residual set.

C. Final Remarks and Future Work

We have shown that for the Shannon sampling series, the conjugated Shannon sampling series, and

for more general system approximation processes based on equidistant sampling we can have strong

divergence. Further, oversampling does not improve this behavior in general. This answers question 3

from Section III-B. We have also shown that for pointwise system approximation, strong divergence

cannot occur.

For the approximation of the Hilbert transform of continuous 2π-periodic functions with continuous

Hilbert transform the Question Q2 in Section III-A has to be answered negatively and Question Q1

positively. Moreover, for the Hilbert transform we can havestrong divergence for a residual set. In all

constructions and examples we use specific properties of theunderlying function spaces and systems.

It would be interesting to develop a general theory for strong divergence, in particular because such a

theory can constitute the basis of an adaptive signal processing approach, as it was discussed in Sections

III-A and III-B.

Recently, a first step toward this general theory was made in [10]. As we already pointed out, the

unboundedness of the operators in Section VIII-B is responsible for having strong divergence of the

approximation processes on a residual set. In [10] it was shown that for the approximation of bounded

operators, strong divergence can occur at most on a meager set, and not on a residual set. The operators

associated with the Shannon sampling series, the conjugated Shannon sampling series, and the system

approximation process, i.e., the identity, the Hilbert transform and the LTI system under consideration, are

bounded operators for the Paley-Wiener spacePW1
π. Therefore, the divergence behavior from Sections

IV and V can only occur for functions from a meager set.
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pp. 292–297.

[24] L. M. Fink, “Relations between the spectrum and instantaneous frequency of a signal,”Problems of Information

Transmission, vol. 2, no. 4, pp. 11–21, 1966, translation.

[25] D. Gabor, “Theory of communication,”Journal of the Institute of Electrical Engineers, vol. 93, no. 3, pp. 429–457, Nov.

1946.

[26] L. Grafakos,Classical Fourier Analysis, 2nd ed. Springer, 2008.

[27] J. R. Higgins, “Five short stories about the cardinal series,” Bull. Amer. Math. Soc., vol. 12, no. 1, pp. 45–89, 1985.

[28] ——, Sampling Theory in Fourier and Signal Analysis – Foundations. Oxford University Press, 1996.

[29] N. E. Huang, Z. Shen, and S. R. Long, “A new view of nonlinear water waves: The Hilbert spectrum,”Annual Review of

Fluid Mechanics, vol. 31, no. 1, pp. 417–457, Jan. 1999.

[30] N. E. Huang, Z. Shen, S. R. Long, M. C. Wu, H. H. Shih, Q. Zheng, N.-C. Yen, C. C. Tung, and H. H. Liu, “The empirical

mode decomposition and the Hilbert spectrum for nonlinear and non-stationary time series analysis,”Proceedings of the

Royal Society of London. Series A: Mathematical, Physical and Engineering Sciences, vol. 454, no. 1971, pp. 903–995,

Mar. 1998.

[31] N. E. Huang, M.-L. C. Wu, S. R. Long, S. S. P. Shen, W. Qu, P.Gloersen, and K. L. Fan, “A confidence limit for

the empirical mode decomposition and Hilbert spectral analysis,” Proceedings of the Royal Society of London. Series A:

Mathematical, Physical and Engineering Sciences, vol. 459, no. 2037, pp. 2317–2345, Sep. 2003.

[32] J. Jachymski, “A nonlinear Banach-Steinhaus theorem and some meager sets in Banach spaces,”Studia Mathematica, vol.

170, no. 3, pp. 303–320, 2005.

[33] A. J. Jerri, “The Shannon sampling theorem–its variousextensions and applications: A tutorial review,”Proceedings of the

IEEE, vol. 65, no. 11, pp. 1565–1596, Nov. 1977.

September 1, 2018 DRAFT



PROBLEMS OF INFORMATION TRANSMISSION 33

[34] V. I. Korzhik, “The extended Hilbert transformation and its application in signal theory,”Problems of Information

Transmission, vol. 5, no. 4, pp. 1–14, 1969, translation.

[35] F. Marvasti, Ed.,Nonuniform Sampling: Theory and Practice. Kluwer Academic / Plenum Publishers, 2001.

[36] V. Pohl and H. Boche,Advanced Topics in System and Signal Theory: A MathematicalApproach, ser. Foundations in

Signal Processing, Communications and Networking. Springer, 2009, vol. 4.

[37] C. E. Shannon, “Communication in the presence of noise,” in Proceedings of the IRE, vol. 37, no. 1, Jan. 1949, pp. 10–21.

[38] E. M. Stein, “On limits of sequences of operators,”Annals of Mathematics, vol. 74, no. 1, pp. 140–170, Jul. 1961.

[39] D. Y. Vakman, “On the definition of concepts of amplitude, phase and instantaneous frequency of a signal,”Radio

Engineering and Electronic Physics, vol. 17, no. 5, pp. 754–759, 1972, translation.

[40] M. V. Velasco and A. R. Villena, “A random Banach-Steinhaus theorem,”Proceedings of the American Mathematical

Society, vol. 123, no. 8, pp. 2489–2497, Aug. 1995.

[41] A. Zygmund,Trigonometric Series, 2nd ed. Cambridge University Press, 1993, vol. I.

September 1, 2018 DRAFT


	I Introduction
	II Notation
	III Problem Formulation and Discussion
	III-A Adaptive Function Reconstruction
	III-B System Approximation

	IV Behavior of the Conjugated Shannon Sampling Series and the Shannon Sampling Series
	V Oversampling with Kernels
	VI Pointwise Convergence Behavior
	VII Behavior of the Threshold Operator
	VIII Discussion
	VIII-A Divergence for Subsequences and Strong Divergence
	VIII-B Strong Divergence for Residual Sets
	VIII-C Final Remarks and Future Work

	IX Acknowledgments
	References

