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Abstract

The presented work investigates a sparse Bayesian inctah@rnomatic relevance determination
(IARD) algorithm in the context of multipath parameter gsition in a super-resolution regime. The
corresponding estimation problem is highly nonlinear aindgeneral, requires an estimation of the
number of multipath components. In the IARD approach irdlial multipath components are processed
sequentially, which permits a tractable convergence aisbyf the corresponding inference expressions.
This leads to a simple condition, termed here a pruning d¢mmdithat determines if a multipath
component is “sparsified” or retained in the model, thusize® a sparse estimator and permitting
a fast and adaptive realization of the estimation algoritMat previous experiments demonstrated that
IARD fails to select the correct number of components when larameters entering nonlinearly the
multipath model are also estimated. To understand thicteffen analysis of the statistical structure
of the pruning condition from the perspective of statidticgpothesis testing is proposed. It is shown
that the corresponding test statistic in the pruning caoifollows an extreme value distribution. As a
result, when applied to the problem of multipath estimatitie standard IARD algorithm implements a
statistical test with a very high probability of false alarihis leads to insertion of estimation artifacts
and underestimation of signal sparsity. Moreover, the abdhy of false alarm worsens as the number
of measured signal samples grows. Based on the developésticth interpretation of the IARD, an
optimal adjustment of the pruning condition is proposedsermits a reliable and efficient removal of
estimation artifacts and joint estimation of signal parsar®e as well as optimal model order selection
within a sparse Bayesian learning framework. The preseexpériments demonstrate the effectiveness

of this approach.
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. INTRODUCTION

Multipath propagation is known to have a significant impagttloe performance of wireless commu-
nication or localization systems. However, when the mattipchannel structure is known, it can offer a
key to a reliable high-rate data communication or accumatalisation.

Typically, a multipath wireless channel is assumed to &irtdia linear combination of a finite number
of L discrete propagation paths, which we term multipath corepts) embedded in a white additive
ambient noise and a non-white random process that repses@fise propagation. While multipath
components can be deterministically described by a set cdnpeters — dispersion parameters that
characterize specular waves propagating from the tratesrsite to the receiver site, such as a propagation
delay, direction of departure, direction of arrival, and appler frequency — diffuse components are of
a random nature and are characterized statistically [1],[8. In this work we are concerned with an
estimation of the discrete multipath components as thew asry sought-after characteristic of a wireless
propagation channel due to their direct relationship togeemetry of the propagation environment.

Historically, the problem of multipath component parametstimation has been solved using a com-
bination of two techniques: super-resolution (SR) paramestimation algorithms (see e.d., [2]} [4]] [5]
and references therein) and model order selection|[[6],[8[],Parameter estimation algorithms are used
to find the parameters of multipath components given meawme data and a model of a multipath
channel with a known number of superimposed components. iBpefy of the estimation algorithm
is essential, as an accurate estimation of component pseesrigeyond bandwidth resolution is often
required. Expectation-Maximization (EM) type of algorth [2], [4], [9], [5] are often used for this
purpose. They allow simplifying the numerical optimizatiof the objective function with respect to
the dispersion parameters that enter the channel modeihearlly. Unfortunately, these techniques are
applicable only when the order of the model, i.e., the nunmdfespecular components is known — a
requirement that is rarely satisfied in practice. This hadiva®d the use of model order selection
technigues, such as Bayesian Information criterion or Minih description length and similar [10[,! [7],
[6], [8] to determine the number of components in the modélese methods select the model order
by balancing the model complexity, i.e., a total number ofapzeters to be estimated, with a norm

of the residual error. Yet for the considered problem thdgerghms become computationally very
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demanding: in order to find the optimal model order, the patans of models with different number
of components have to be estimated first, and then compaird sslected criterion. In practice, the
number of components can range from a only a few to several aércomponents, making separate
parameter estimation and model order selection very ineffic especially in time-varying scenarios,
where the number of components can changé [11], [12].

To make estimation more efficient, we propose a variatiorsieBian wireless channel estimator that
combines model order selection and parameter estimatithirva single framework. The proposed
solution is based on merging a variational Bayesian pammestimation[[13],[[14], which generalizes
classical EM-based SR parameter estimation algorithns sparse Bayesian learning (SBL) techniques
[15], [16], [17]. Sparse reconstruction of a multipath chehcan effectively solve the model order
selection problem, since irrelevant multipath componerilisbe “sparsified” by the algorithm; sparsity,
thus, effectively controls the complexity of the estimateddels.

Such multipath estimation approaches have been to somatextplored in [[18] and([19]. In[[18]
the authors casted the Space Alternating Generalized EateeMaximization (SAGE) algorithm for
multipath parameter estimatlﬂnin a variational Bayesian framework. The new algorithmmied varia-
tional Bayesian SAGE (VB-SAGE), introduces sparsity witir jointly estimate model order via sparsity
penalization and estimate the parameters of multipath coems. The VB-SAGE algorithm makes a
typical assumption on the independence of individual camepts. In [[19] this assumption is relaxed
by considering correlations between the gains of propaggiaths. By adopting a special class of SBL
algorithms, known as incremental Automatic Relevance Ddtetion (IARD) [21], [22], [23], [24], a
new algorithm is proposed that, as we will show here, geizesmthe VB-SAGE algorithm. A key feature
of both VB-SAGE and IARD algorithms is the structure of véidaal inference expressions that leads to
a simple numerical condition for removing or keeping a corgrd in the model. It is this condition that
eventually leads to sparse estimate. Further in the textefex to this condition as a pruning condition.
The pruning condition permits the reduction of the model plaxity “on the fly”, while the components
are updated. In this way model order selection and pararestanation are realized jointly.

It has been observed, however, that some of the estimatetpatblcomponents have small, yet non-
zero weights[[18]. In other words, the IARD and VB-SAGE estiors compress the measured signal,
but overestimate the model order. To cancel erroneous coemt® an empirical threshold was adopted

in [24], [18], [22]. The selection of the threshold expldite link between the pruning condition and an

1See [[20] and[[B] for the details on the SAGE algorithm.
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estimate of the per-component signal-to-noise ratio (SN} it remains unclear whether a particular
choice of the threshold can be motivated more formally. Atdvetinderstanding of these aspects can
be exploited not only for improving performance of IARD sofes in the presence of noise and better
understanding of the IARD performance in general, but foraaourate and fast extraction of specular
multipath components, as we argue in this paper.

Thus, our goals in this work can be formulated as follows: \we & further the theoretical under-
standing of IARD within the context of sparse estimation afltipath component and present a more
detailed analysis of the pruning condition used in the IARBoedthms. Specifically, we show that the
IARD algorithm generalizes VB-SAGE. Also, we demonstrdigt the pruning condition used in IARD is
equivalent to a statistical hypothesis test applied to @ifipenultipath component under the assumption
that the other multipath components are fixed. With this neerpretation it becomes possible to show
that (i) within the IARD scheme the presence of a componenhénmodel can be determined using a
statistical hypothesis test of a desired test size, (ii)tdst is a uniformly most powerful (UMP), (iii)
probability of false alarm for this test (i.e., the probéhibf falsely accepting a component in the model)
is upper-bounded, with the standard IARD algorithm implatimgy the test with the highest probability
of false alarm.

Throughout this paper we shall make use of the following thmta Vectors are represented as boldface
lowercase letters, e.gr;, and matrices as boldface uppercase letters, &g .For vectors and matrices
() denotes the Hermitian transpose. We wii];; to denote an element of the matriX at the
kth row andith column. The expressiodiag(x) stands for a diagonal matrix with the elementsaof
on the main diagonal. For some positive-semidefinite ma#ixnotation||z||4 = V7 Az denotes
a weighted/> norm of a vectore. We write E,(, f(=) to denote the expectation of the functigir)
under the probability density functiofix). Finally, for a random vectat, CN(z|a, B) denotes a circular
complex multivariate Gaussian pdf with meamnd covariance matriB; similarly, for a random variable

z, Ga(z|a,b) = %x“—l exp(—bx) denotes a gamma pdf with parameterandb.

[l. SIGNAL MODEL

In the following sections we outline the used signal moddkoA the corresponding probabilistic
formulation of the inference problem that builds the foumtafor the variational Bayesian parameter

estimation adopted here is presented.
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A. Multipath channel model

Consider for simplicity a single-input—single-output $&1) wireless chanr@l The received signal
y(t) can be represented as a superposition of an unknown numbéspecular multipath components

wys(t; @;) contaminated by additive noigét) (see e.g.,[[2],[[18],[[25]):

L
y(t) = ws(t;0) + (). 1)
=1

In (@) w; is a complex-valued multipath gain ar; 6;) is an altered version of some transmitted signal
z(t). The alteration process is described by a (non-linear) imapp(t) — s(t;6;), where@; is the
vector of dispersion parameters, e.g., relative delay,pBopshift, etc. For a SISO channeli; 6;) can
be represented ast; 0;) = s(t;7,v) = e/2™tx(t — 1), where8; = [1,1]T, 7, is a delay of theth
multipath component ang, is its Doppler shift. In general, the nonlinear mappin@) — s(t, 8;) also
includes the measurement system effects, e.g., signalriitists at the transmitter and the receiver due
to analog filtering, RF components, etc. Additive nofge) is assumed to be a zero-mean wide-sense
stationary Gaussian process. In addition to white noise,témm will also include effects due to diffuse
scattering([2], [[3].

In practice the signaj(¢) is sampled with the sampling peridd, resulting inV discrete measurement
samples. By stacking the samples in a vegtet [y(0),...,y((N —1)Ty)]", model [1) can be rewritten

in a more convenient matrix form as

L
y=> ws()+¢=SO)w+¢, 2)
=1

where we defines(0;) = [s(0;8;),...,s((N — 1)T,; )", ® = [01,...,0L], w = [wy,...,wr]’, and
S(®) = [s(01),...,5(0)]. The termg = [£(0),...,&((N — 1)T,)]T is the additive noise vector that
follows a circular complex normal distribution with covainice matrixg {&“H} = AL In the following
we will assume that\ is known or has been estimated; the estimation of diffuséestieg statistics and

white noise statistics we will leave outside the scope of thork.

B. Probabilistic structure of the multipath channel model

Expression[(R) is the starting point for the multipath pagten estimation algorithms. Givenl (2),

the joint model order selection and parameter estimationsadt determining the values df, w,

2The proposed method can also be extended to MIMO time-waciaannels with stationary propagation constellation.sThi
will, however, lead to a more complicated signal model widditional dispersion parameters, while not adding any nepeet
relevant to the understanding of the proposed methods.
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and ©. For fixed L both w and ® can be found using classical maximum a posteriori (or marimu
likelihood) approach, which amounts to a numerical maxation of the corresponding probability density
function (pdf) p(w, Bly) x p(y|w, ®)p(w, ®), where p(y|w, ®) = CN(y|S(®)w, A™!) following
(2). Unfortunately, in majority of practical cases the n@nbf multipath components is not known.
A possible approach to circumvent an explicit specificatidfrthe model order consists of imposing
sparsity constraints ow. The advantage of such approach is a joint model order gmbeghd parameter
estimation within a Bayesian inference framework, as wéldutlined below.

A classical SBL approach [15]l [16], [1L7] assumes a hieraathfactorable priorp(w|a)p(a) =
Hlep(wl\al)p(al) for the weightsw, where p(w;|ey) = CN(w;|0,q; '). Parametersy, also called
sparsity parameters, regulate the width of this pdf and rbasestimated along with the other model
parameters — an approach referred teagpirical Bayes

In IARD version of SBL two techniques are combined. First thyperpriorp(«) is assumed to
be non-informative by selecting(a) o Hleal‘l. Such choice is known as automatic relevance
determination (ARD). The resulting inference scheme is thienilar to a weighted version of minimum
£1-norm regression and basis pursuit denoising (see [26], [28]) — more traditional “non-Bayesian”
methods for learning sparse representations. Seconds indlemental inference approach to the SBL the
corresponding objective function is optimized with redggedhe parameters of one component per single
algorithm iteration. Such incremental optimization pdeva fast estimation of sparsity parametérs [21],
[22], [23]. Moreover, it also underlies the EM-based multhp estimation schemes, since it simplifies
nonlinear optimizations with respect to dispersion parens®. This motivates a combination of IARD
and multipath inference schemes in a single framework.

The joint multipath parameter estimation and model ordkrcsien within IARD amounts to inference

of the joint posterior pdf

p(w, ©, aly) o« p(y|w, ©)p(w|a)p(a)p(O), 3)

where we explicitly assume thatw, ©, a) = p(w|a)p(a)p(®). Unfortunately,[(B) cannot be evaluated
in closed form, but can be approximated using, e.g., vanatiBayesian techniques [14], [13]. The latter
aims at estimating an approximating pdiv, ®, ) by maximizing the lower bound of the log-evidence

logp(y) :

p(w,@,Of’y)
] > E  log~—2—19) 4
og p(y) 2 a8 W O.a) (4)

which is equivalent to minimizing the Kullback-Leibler @ikgence betweey(w, ®, «) and the intractable
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p(w, ©, a]y). The complexity of the inference depends on the choicgef, ©, o). Here we will assume
that

L
g(w,®,a) = q(w) [ ] a(6r)a(ar). (5)
k=1

Let us now specify each factor ial(5). First, we will sele¢@;) = 6(0, — 51). This assumption results
in a point estimate of the dispersion parameters. This ehsiimplifies the numerical optimization of the

right-hand side of{{(4). For the factgfw) we will consider two assumptions:

L L

(A1) :  g(w) =[] atw) =[] CN(w@, @), (6)
=1 =1

(A2):  g(w) = CN(w|®, ®). (7)

A1 explicitly enforces a statistical independence betweeividual multipath components; this assump-
tion underlies the SAGE [5] and the VB-SAGE algorithms| [18] multipath parameter estimation. Under
the assumptiom\2 the gains of the components are assumed to be correlatesi farmulation is used
in a classical SBL and in the IARD algorithm for multipathigsition in [19]. In the following we will
consider both assumptions and investigate their impact olipath estimation and detection. Let us
mention here thaA1 can be obtained as a special caseA@fby constraining@ to a diagonal matrix.
The form of the facto(«) can be obtained analytically as a maximizer[df (4) for theseimoform of
q(8;) andg(w). For the IARD case it can be shown [18], [22] that

L L

q(a) = Hq(al) = HG&(O[[; lval_l)>

=1 =1
i.e., q(«oy) is parameterized by a single coefficient
The maximization of the bound ifl(4) then reduces to the estam of the parameter&, ®, &, and

0, 1= 1,..., L that parameterizé 5). In what follows we describe this irrendetails.

C. Incremental variational inference of model parameters

The IARD algorithm optimizes[{4) with respect to the paraenetof one component per iteration,
cycling through the components in a round-robin fashionngiader now the variational inference steps
for a single component We will begin with the estimation of(8;). To this end we defin®_; =

[01,...,01_1,01+1,...,0L] as a set of dispersion parameters obtained by remof@jngjom ©, and
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assume that the pdigw), ¢(a), andq(®_;) are availablg.The bound in[(#) orlog p(y) with respect
to ¢(6;) can then be expressed ag p(y) > E,(g,) log (5(8:)/q(6:)), where

p0) x| B 1ep(ulw 0(©)). ®
This bound is maximized when the Kullback-Leibler divergebetweer(6;) andp(6;) is minimal. Due
to the assumed form af(;), this is achieved whe@, is aligned with the mode a#(0;). By computing

the expectation in{8) it can be shown that

9, = arg;nax { log p(8;) — ||Iri — @;s(6)) |3

P N (9)
= > 2 {[@)s@)" As(0) ) — [Blulls©O) },
k=1,k=l
wheref {-} denotes the real part operator and
L —~
ri=y— Y Ws(6) (10)
k=1,k=l

is a residual signal that cancels the contribution of theelofth— 1 components. Solvindg {9) requires in
general a numerical optimization. Let us point out that et two terms in[{(9) account for correlations
between the elements a#, acting as penalty factors in the estimatoréf Also, note that under the

assumptionA1 (@) coincides with the estimation expression used in theSALGE algorithm [[18].

Now, let us consider the estimation @fc;). The bound in[(4) with respect ig«;) can be expressed

aslog p(y) = Ey(a,) log p(au)/q(cu), where
o) o exp< E logp<wz|al>p<al>).
q(w)

It has been demonstrated in [18] (for the assumptidi and in [22] (for the assumptioA?2) that the
sequence of estimates/®(«y), ¢! (ay), ¢ (ey),...}, obtained by repeated maximization of the right-
hand side of[(#) with respect to the pdfiav;) andq(a;) (for A1), or g(w) andq(«ay) (for A2), converges
to the pdfgl™(a;) = Ga(ay|1, @) ~1) with

Aloc] { (=)', BB >q

(11)

l
<1.
(Y

o0,

3In other words, we assume that the parameters of the condsppdfs are known.
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The parameters andy; in (I1) are computed as follows. For the assumptian

(Al : o =1/]s@)|a, m=qs@)FAF

[A1] L = (12)
T =y — Y Wrs(Bk).
k=1,k=l
For the assumption2, we first define
A_; = diag([a, ..., 01,141, . .., 0L)),

S(©_) =[s(81),...,56,1-1),50111),...,5(01)],

P (S(é—l)HAS(@—l) + z—l) B : (13)

’l/L\J_l = :I\’_ZS(@_l)HAy, and
FI[AZ] =y — S(@_l)’l/b_l.

Then,s; and y; for this assumption are evaluated as follows

 =q5(0;)" Ay—
(0:1) (14)

qs(al)HAS(C:)_l)@_lS(C:)_l)HAy
=as(0)" Ay — S(O_)w_))
:qs(al)HAFl[Aﬂ.

Let us point out that for both 1 and A2 cases, the weight; is a projection ofg(@l) on the corresponding

_[A2]

residual signaﬂA” orF, ~, respectively. The latter are computed by canceling (aebtrg) the contribu-

tion of the other.—1 components. Note thill[Al] coincides with[(ID); also_:l[AQ] andFl[Al] are equal when
o_, is diagonal, i.e., for uncorrelated components. This wélldbvalid assumption for components that
are physically well separated, i.e., whe(@;)? As(8;) ~ 0, k # 1. Thus, for uncorrelated components
the IARD and the VB-SAGE algorithms will lead to the samenastion results. Also, when assumption
Aoc is used with IARD, an instance of the VB-SAGE algorithm isabéed. Yet IARD does not require

an introduction of any latent variables, as it was done inMBeSAGE algorithm.
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Finally, we estimate/(w;) andq(w). For the assumptioA1 the parameters of(w;) are computed as
3 R A NP Y e 1-¥)
b= (Is@)I +ar™) @ = &is(@) A (15)

Similarly, for the assumptioh2 we compute

3 = (S(@)HAS(@)) + diag(a)>_1 ,
o (16)
w =®S(0)" Ay,
wherea = [ay,...,a_1, 0, @1, az)7.

The key advantages of such incremental component-wisma&stn scheme are the expressidns (9)
and [11). The former permits a simpler numerical optimaatof the dispersion parameters as the
dimensionality of the resulting objective function equadsthe dimensionality oB;, rather than that of
©. Result[[T1) gives a simple criterion for model order sét@ctwhen|u;|? < ¢, we getal[oo} = o0, I.e.,

w; — 0 and the component is removed. This implements an automaiitehorder selection. Moreover,
the signal model can be constructed from bottom up, i.ertisgawith an empty modeS(C:))fo =0,

and initializing the first component using “incoherent’tiaiization as described in the Algorithra] (1).

Algorithm 1 Component initialization

~

Computer; + y — S(®)w; estimated; using

61 = axgmax { logp(6r) — r{'s(61) 3 } (7)

Computeq(«;) using [11)
if > is finite then

Computeg(w;) using [15) (org(w) using [16))
else

Discard the component and abort initialization

end if

[o0]

If during the initialization the tes{(11) results in a fingparsity paramete®, ', a new component is

accepted in the model. The parameters of the componentbemeupdated following the Algorithinl 2.
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Algorithm 2 Parameter update
while Not convergeddo

for le{1,...,L} do
Updateq(0;) from (9) andg(«a;) using [11)
if a>! is finite then
Updateg(w;) using [15) (org(w) using [16))
else

Remove thdth component from the model
end if
end for

end while

After update, the initialization can be repeated again foupdated residual signal. The algorithm is
interrupted when no new components can be added to the maetells also mention at this stage that
&_, can be efficiently computed using rank-one updates (seef@t8hore details). Thus;(w) can be
efficiently updated even for largk.

The condition|y|? > ¢ in (IJ) we term a pruning condition since it determine@}?o] is finite. It
forms a basis for a multipath component detector. In faet siparsity of the estimated model is governed
by this condition. To better understand its properties amétdtions we consider this condition in more

details in the following section.

1. ANALYSIS OF THE PRUNING CONDITION

Let us now investigate this pruning condition in greateraddbr both A1 and A2 assumptions. To
this end we defing; = |1]?/<;. A closer look at[(IR) and(14) reveals that the parametgrand g;
correspond, respectively, to the posterior estimate oftthpath weightv; and its variance whe&; = 0.
Thus, we can interpret; as an estimate of theh component SNR after the procesJ%ﬂ@pecifically,
the pruning condition

P> 1, (18)

states that an estimate of the approximating g@f;) has a finite mean if, and only if, an estimate of

the /th component SNR after subtracting the interference of therd. — 1 components exceeds(or

“This can also be interpreted as the component SNR after anewhfitter processing, witb(@l) playing the role of a matched
filter.
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equivalently0 dB).

Yet in many practical applicationsdB threshold might not represent the desired level of confide
in the estimated component. Moreover, we have empiricdlseoved the conditiori_(18) generally over-
estimates the model order: some of the detected componengsfalsely introduced into the model, with
the estimated weights having small, yet non-zero weightisthe corresponding parametersexceeding
a 0 dB threshold. Empirical adjustment of the threshold to séewel x; > 1 improves the model order
estimate[[24],[[18],[122],[123]. In what follows we explainhy signal sparsity is overestimated with the
condition [18) and how to select the threshejdsuch that the conditions > x; is more robust against
estimation artifacts. For this purpose we will explore armgtion between the statistical structure of
(@8) and hypothesis testing.

Consider a single componehtand assume that the parameters of the other componentxede fi
Define now two hypotheseB and H; for the “true” weightw; of the ith multipath component as

follows:
H() LW = 0

Hy: w #0.

(19)

Our goal here is to understand how statisticg,ofan be utilized to choose between these two hypotheses
in the Neyman-Pearson sense. To this end we will considedigteibution of p; under Hy and H;

hypotheses for botiA1 and A2 assumptions.
A. Assumptiom1: independent multipath components
We will begin our analysis with the following proposition:

Proposition 1. Assume tha®, is found from(@) and that other factors ir6) are fixed. Then, under

hypothesisH| the statisticp; will follow an extreme value distribution [29] with the follving pdf:

—N/e
p(pilHo) = (e )5(Pl)~ 0<pm<1 20)
(1 —eNe)p(p|Ho)  pr > 1

whered(p;) is a Dirac delta distribution and
ﬁ(pl|H0) — e(—pz-i—log(N)—e*leog(N))’ o >0, (21)

is a pdf of the Gumbel distribution _[30].
Proof: Consider the distribution of; under the hypothesi&, for some arbitrary value of; and
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known noise statistics. Due to the efficiency of maximumlii@od estimators for linear models_[31],
it is straightforward to show that; ~ CN(z4|0,). Recall now thatp; = |x;|?/. It is known that the
square of a normally distributed zero mean random variabtenalized by its variance will follow a2
distribution. Since the variance of real and imaginary paft.; is ¢;/2, then p; will follow a scale@

x? distribution with two degrees of freedom. In our case it iseaponential distribution with the pdf

plp) =e ", p>0. (22)

This distribution arises when for a fixel different realizations of the residual sigrﬁiu] are generated.
Alternatively, Fl[Al] can be fixed and, then drawn at random. Note that undés the residuaFl[A” is
a realization of anV-dimensional Gaussian noise vector. However, due to masition [9) we select
the “best” dispersion paramet@y out of N independent possibiliti@As a results an observed value
of p; under Hy will follow the distribution of a maximum out ofV values drawn from[(22). Such type
of distributions are known as extreme value distributions.

To derive the distribution functiot},,.«(p;) of the corresponding extreme value distribution, we apply
the Fisher-Tippett-Gnedenko theoremi[29] to the distidufunction F'(p;) = 1—e~* of the exponential
pdf (22). By the theoremFy,.«(p;) can be computed as the limit of appropriately shifted andesica

n
variable p;: Finax(pr) = limy, o0 (F(’”a;b")) for some real sequences > 0 andb, > 0 that are

independent of;. In our case, it can be demonstrated thatdgr= 1 andb,, = log(n), the maximum
of out of N exponentially distributed values will follow a Gumbel dibution [30] Fi,.x(p;) with the

distribution function
Finax(p1) = exp (—e_(Pl—log(N)))

and the corresponding pdf

ﬁ(ﬂl’HO) — e(—m-‘:—1og(N)—errJL+log<N))7 o> 0. (23)
Note, however, that fop; < 1 the sparsity paramete/fl[oo] = oo. In this case the hypothesKj is

automatically accepted. Taking this into consideratitwe, pdfp(p;|Hy) can be specified as

Frax(1)6 0<p <1
(ol Ho) = (1)d(p) ) <p< (24)
(1 = Funax(1))p(m|Ho)  p1 > 1,

The scaling factor in this case ig/2 to compensate for the reduced variance of real and imagipetg.

Note that possible correlations in the residual signal dudiffuse multipath are “whitened” by the matrix~*.
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which completes the proof. [ |

The next proposition defines the distribution gfunder hypothesigi;.

Proposition 2. Under hypothesidi; the statisticp; will follow a scaled non-central chi-square distri-

bution

0 0<p<1
plolH) =4 (25)
zb(p|Ho) — pr>1

where

B (pr) =e~ (P H )1, (\/ 277lpz> ,

o0 (26)
and ZZ/ pu, (p)dpr.
1

Proof: The distribution ofp; under hypothesi¢f; can be studied in a similar fashion. The weight
w; will follow a Gaussian distribution with the true (unknowmeanw; # 0 and a variance;. Following
the same line of arguments as for thg case, it can be shown that will follow a scaled non-central

chi-square distributiory’3(r;) with two degree of freedom and a non-centrality parameter 2|w;|? /<

p(p|Hy) = e (P31, (\/ 277101) . p >0, (27)

where Ip(z) is a modified Bessel function of the first kind. Since fqr < 1 the H; hypothesis is
automatically rejected, the supportafy;| H,) is restricted to the intervdll, co). Taking this into account
leads to result(25), which finalizes the proof. |

Let us note that, strictly speakind, {25) will hold for conmemts with a sufficiently high “true” SNR
lw;|?/s;. In high SNR regime optimizatiori](9) will consistently rédisin the same value 0d,. Yet as
w; decreases, the corresponding residual si@l[{gl] becomes dominated by the additive nogsand a
mixture of (25) and[(23) will be observed.

Now, we can select betwedt, and H; using the following test functiofi’ (p;):

07 1% S Kl
T (pl) = s
17 pL > K, (28)
S.t. k>0, E |{T =€,
>0, B (T@h=a

whereg, is the size of the test. Let us now indicate some importanpentees ofT (p;).

1) The test[(28) is uniformly most powerful (UMP) test of sigzeto choose betweeil, and H;
specified by pdfs[{20) and_(R5), respectively. This followanf the fact that the rejection region
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of the test functiori’(p;), given by the intervallog(1/log(1 — ¢)~*/"), o0] is independent ofy
[32].
2) Under assumptiorA1 the standard IARD algorithm implements the tést (28) with= 1, as seen
from (11).
3) Since forp; < 1 the corresponding component is automatically removedsittex; of the test[(2B)
must be upper bounded. The upper bound is given bylby F.x(1)).
It is important to stress that for a standard threshgle: 1, the size of the hypothesis testwill be quite
large for typical values ofV (see Fig[L). In other words the standard IARD will implem#re test[(2B)

Test size sl
=
o

0 2 4 6 8 10 12 14 16 18 20
Threshold K,

Fig. 1. Sizee; of the test[(ZB) versus threshold for different values ofN.

with a very high probability of false alarm. As a resulfy will be falsely accepted more often, leading
to estimation artifacts. Moreover, as the number of sampleiscreases, the probability of generating
artifacts grows as well, making it more difficult to distirigh “true” components from noise. The reason
for this is the optimization[{9), which leads to the emergent the extreme value distributiof (20).
As N increases, this distribution shifts further away from thendard threshold;; = 1, making the
correct rejection of artifacts less probable. Naturally,ificreasing the threshold;, we can control the

probability of false detection at some desired leyel

B. Assumptiom2: correlated multipath components

Under the assumptioA2 the pruning condition[(18) has a similar interpretationwdwer, due to the

correlations between the elementswefthe corresponding analysis becomes significantly moreed.
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Let us begin by considering the marginal posteriorugffor the case wheny; = 0. This is again
a Gaussian pdf with the meam and the variance; given by [14). Consider now the expectation
E{u} = E{glsl(al)HAFEAz]} in (I4). It can be shown that

B} =asi(0)" (A~ + 56 )4 5© ") 09

~

X S(('-)_l)w_l + wj.

where we re-used definitioris (13) to simplify notation. Bgpacting[(2P) we see that the bi&§; } does

not vanish under hypothesi4y, i.e., whenw; = 0. Due to the correlations between the components, this
bias is proportional to the “true” weights _;, which are generally unknown. In other words, in order to
decide betweeltil, and H; within the incremental estimation apporach, i.e., for dipalar component,

we need to known the weights of the other multipath compaorénis in general prohibits a computation
of the pdfpg,(p;) or pr,(p;) for the caseA2 unless some assumptions about the true weights can

be made.

Nonetheless, our simulations show that the test (28) appdiehe case\2 performs quite well.

IV. SIMULATIONS RESULTS

In the following we will investigate the performance of theoposed joint estimator and component

detector for synthetic channels.

A. One component in noise

We will begin with a single synthetic multipath componentvimite noise, i.e.,. = 1. For that
we generate a channel response accordindlto (2) with thewioly assumptions. We restrict the set
of dispersion parameters to a single detgyso thats(6@) = s(7). The vectors(7) is constructed as
s(r) = [s[-7/T,....s[(N —1) —T/Ts]]T, whereN = 128 and T, = 1s. The signak[n] is an OFDM
signal with K subcarriers located at discrete frequen@es/K, k = 0,..., K — 1. Each subcarrier is
generated with a constant unit magnitude and random phagemly drawn from the interval0, 27].
The delayr of the synthetic component is setto= 0. The weightw has a unit magnitude and a random
phase drawn from the interv@), 27].

Our goal in this experiment is to validate the derived disttions of the decision statistjg for both
H, and H; hypothesis. To this end we restrict the values of estimadesponent delays to the sampling
instances. The estimation algorithm is then initializethwanly 2 components: one with the delay set to

the true delayr to approximate the; hypothesis, and the other one set to the neighboring samplin
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instance to approximate the hypothe&is. To collect the corresponding statistics, we run the athori
and collect the values ¢f; andp, over10000 independent runs of the algorithm. The obtained empirical
distributions of both statistics are then compared to thével@ theoretical distributiong(p;|Hy) and
p(pi|H1). For both components a pruning thresholdkxgf= k9 = 1 is used, which corresponds to the
standard IARD pruning condition. The analysis is perform@ddifferent input SNRs that we compute
as10logyq [[wis(m1)|1?/€]|? + 10logy(IN); here,101og,,(N) is the processing gain of the estimator.

We begin our tests for the assumptiam. For that we usd{ = N, which corresponds to the correlation
coefficient 0f0.007 between the components with delays located at two neighdp@s@mpling instances.
In Fig.[2 we plot the resulting distributions f@dB, 13dB, 17dB, and21dB SNR. As we see, there
is a very good fit between the empirical and theoretical iistions under the, hypothesis. Also, as
expected, for low SNR the derived polfp;| H1) deviates slightly from the observed empirical distribatio

Now, let us consider the same scenario, yet for correlatedpooents. To increase the correlation
between the components we seldct= N/2, K = N/4, K = N/8, and K = N/16, which is
equivalent to keeping the sampling rate fixed while redudhmg bandwidth of the signals. This leads
to increased correlation between closely spaced compan&he correlation coefficients between two
signals located at two consecutive delays for the aboveerhwalues ofK are 0.62, 0.89, 0.97, and
0.99, respectively.

In Fig.[3 we show the empirical distributions of the decisgiatistic for 17dB SNR and the corre-
sponding pdfsp(p;|Ho) andp(p;|H;). Note that the latter are computed under the assumptibnAs
expected, for low correlations the pdfs derived for the agstion A1 provide a close approximation for
the A2 case, both forHHy and H; hypotheses. As the correlation increases, the pdfs of bgtlotheses
exhibit a second mode at the location of the alternative thgsis. This is direct consequence of the high
correlation between the components: depending on the me#&zation, a component that is “marked”
as anH, hypothesis fits the synthetic signal better then the one Ketiras anH;. Practically, it is,
however, not important which component is eventually geliicas long as the artifacts are removed
with an appropriately selected thresheld Considering the tails of the paf(p;|H,) we can conclude
that in the A2 case the threshold;, computed for theAl assumption seem to be a reasonable practical
approximation.

Let us now test the performance of the proposed detector thighadjusted threshold;. For that
we use the same simulation parameters: we generate a simgipooent withr = 0, N = 128, and
T, = 1. As the performance measure we look at the number of esthwaponents and the empirical

distribution of the estimated delay values versus SNR fertthiesholds; = 1, i.e., no adjustment, and
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Fig. 2. Comparison of empirical and derived distributiohthe test statistip; underH, and H; hypotheses for &§NR = 9dB,

b)SNR = 13dB, c)SNR = 17dB, and d)SNR = 21dB.

adjusted threshold
(30)

ki = log(1/log(1 — e)~'/M)
with ¢, = 0.001. The latter is selected according [a](28). Also, we will ddescasesi = N, K = N/2,

K = N/4, and K = N/16. The corresponding plots are summarized in Eig. 4. As we sk, x; = 1
setting, the algorithm mainly detects noise in low SNR (H¢e]) -[4(h)) and overestimates the number

of components in high SNR regime. With the adjusted threshble number of detections at low SNR

is almost zero, yet when a component is detected, it correlsptw the actual multipath component with

DRAFT
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Fig. 3. Comparison of empirical and derived distributiofishe test statistigp;, under Hy and H, hypotheses for SNR 17dB
and a{ = N/2, b)K = N/4, c)K = N/8, and d} = N/16.

high probability.

B. Superresolution properties of the algorithm

In the next simulation we investigate the resolution apitif the proposed IARD algorithm for both
the assumptiong\1 (IARD-A1l) and the assumptiorh2 (IARD-A2). Here we will consider the case
L = 2, with component delays, no longer restricted to a sampling grid. Additionally, wdlwbnsider

a Doppler shifty; for each component. This setting will correspond to a tiragfing SISO channel model
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Fig. 4. Estimated number of components versus SNR for Yaé,= N, (b,fj) K = N/2, (c,g,k) K = N/4, and (d,h,l)
K = N/16. In figures (e)-(h)x: = 1; in figures (i)-(I) x; = log(1/log(1 — el)*l/N) with ¢, = 0.001.

with stationary parameters. To estimate Doppler frequevieyvill considerM = 25 consecutive channel
measurements, so that the model of a single compaiépt is represented af{7;, ;) = vec{ X }, where
X is anR x M matrix and[X],.,,, = s[r — 7/ Ts]e’>™ ™™l p =0,...,R—1,m=0,...,M — 1. The
signals[n] is a downsampled version of the actut@MHz-wide calibration signal used in the aeronautical
channel measurement campaign!/[33]. The used samplingdpisrif, = 4us, which results inR = 128
samples per single channel measurement. The synthetigsdela= [y, 5] of the components are
generated as follows is uniformly drawn from the interval, 7] and» = 7, + A - Ts, with A being

a simulation parameter. The Doppler frequengyof the first component is drawn uniformly from the
interval [—200, 200]Hz; for the second component we selegt= 14 + €, wheree, is a random jitter in
the interval[—2, 2]Hz. The weights of both components have unit magnitude aifdranly distributed
phase drawn from the intervl), 27]. For both IARD-A1 and IARD-A2 we will select the threshold
according to[(30).

For comparison purposes we will also consider a classic@EAlgorithm [5] that employs Bayesian
Information Criterium (BIC) [[7] to select the model ordekvd different implementations of the SAGE
algorithm with BIC criterion are compared. The first implertagion (SAGE-BIC-1) exploits the signal
detection method based on the eigenstructure of the estinsagnal covariance matrix/[8]. This algorithm

first estimates the correlation matrix of the input siggalising N = R x M data samples; then, the
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information-theoretic criterion is applied to the eigelmes of the correlation matrix following the scheme
described in([B]. This gives an estimate of the number of agrwhich is then plugged in the SAGE
algorithm to estimate signal parameters. The second ingéation (SAGE-BIC-2) estimates several
models with different number of componerisusing the SAGE algorithm as follows: it starts with the
model orderL = 0 and sequentially increases the model order until the minminadi the BIC criterium

is achieved, each time fitting the model anew. The BIC coteiis evaluated as
~ 8
BIC(L) = —log (p(y]®, )|, ) + S Llog(N)

for each possible value df. Herelog (p(y]@, w) \L> is the value of the log-likelihood function evaluated
at maximum, under assumption that the model ordér. iShe penalty facto%Llog(N) arises as follows:
penalization per single complex amplitudelig;(N), and per additional unknown time/frequency shift
is %log(N) (see [34] and[[6] for more details). Note that in this redlma SAGE-BIC-2 requires fitting
multiple models to find the minimum of the BIC criterion. Ittisus computationally very inefficient for
realistic channels, whergé might range up to several tens of components and number gilealV is

on the order~ 10% — 10°.

As the performance criteria we compute the averaged nunilietected componenfs, the probability
of detecting exactly two componenlg(f:”, the averaged delay root median squared error (RMeSE)
RMeSE(7) normalized by the sampling peridd, and Doppler RMeSERRMeSE(v), normalized by the
Doppler resolutionl/NTs. The latter two quantities are computed only for the casesnwén correct
number of components is detected. Note that at low SNR thepoaent detection rate will also be
low, which is why the median squared error is used instead ednmsquared error. Additionally, we
evaluate the averaged computation time per single algontin. The corresponding plots for SNRB,
10dB, 20dB, and30dB are summarized in Fig.] 5. The results are obtained by gireggaover 2000
independent Monte Carlo runs for the IARD-A1, IARD-A2, and&E-BIC-1 algorithms. The statistics
for the SAGE-BIC-2 algorithm are averaged over 300 MontelcCams.

In terms of the estimated number of componeﬁt:{Fig. [5(@)F5(d)), and probabilities of detection
P (Fig. BE)F5M)), the IARD-AL, IARD-A2, and SAGE-BIC-2 agthms perform quite well,
with the latter offering a slightly better performance. TBAGE-BIC-1 algorithm performs in contrast
quite poorly: it either underestimates the number of conepds in low SNR regime, or consistently
overestimates the model order in the high SNR regime. Itbopeance also seems to be insensitive to

the component spacindy. In contrast, the number of correct detection for the othgor&#ghms grows as
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Fig. 5. Estimation performance of the algorithm in the supsslution regime for (a-€)dB, (f-j) 10dB, (k-0) 20dB, and (p-t)
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and (e,j,0,t) the averaged computational time in secondsipgle algorithm run.

January 1, 2018 DRAFT



23

A and SNR increases.

In terms of accuracy of parameter estimation (Fig.|G()}a(d[5(m)-5(g)) we see that in low SNR
regime, SAGE-BIC-2 performs slightly better than the othlgorithms. In the high SNR regime, SAGE-
BIC-2 and IARD-AL perform identically well, with IARD-A2 aperforming them for small component
spacingA — the advantage of the assumptidf over a “simpler” assumptioA 1. For larger spacing\,
i.e., when the correlation between the components de@getss advantage, however, disappears, and
SAGE-BIC-2, IARD-A1 and IARD-A2 deliver similar performas.

Finally, let us consider the computational time of the aitipons (5(q) {5(®)). It is interesting to note that
although SAGE-BIC-2 has better component detection céipadj its computational time is significantly
higher, since multiple models with different number of campnts have to be estimated. SAGE-BIC-1
algorithm is the fastest, since the model order selectiadoize prior to multipath parameter estimation
— the most time-consuming part of the algorithm. The IARD-&id IARD-A2 algorithms are much
faster than SAGE-BIC-2, yet they offer a compatible perfance both in terms of component detection
probabilities, as well as in the parameter estimation amuior a higher number of componeiitshe
inefficiency of the SAGE-BIC-2 algorithm will constitutes#lf quite significant.

The difference between tha1 and A2 assumptions exhibits itself only for component spacikg
below approx.60%, i.e., in a super-resolution regime. In terms of the detectate, both assumptions
perform quite similarly. As expected, the parameter edtonaaccuracy is better for th&2 assumption,

yet at the expense of slightly higher computational time.

V. CONCLUSION

This work discusses a joint sparse estimation and deteofianultipath components within variational
Bayesian framework. The approach is based on a variatieaization of incremental automatic relevance
determination (IARD) algorithm — a Bayesian sparse sigeabnstruction technique. The variational
Bayesian formulation of the algorithm permits extending giandard IARD algorithm for linear models
to a problem of parameters estimation of superimposed Isigwhich requires nonlinear optimizations.
The sparsity is used to estimate the number of active signalse model.

However, for the problem of super-resolution multipath poment estimation, where an accurate
model order selection is of a particular interest, it hasnbaleserved that IARD generally overestimates
the number of components. Here we have demonstrated tisacdhi be explained by the model fitting
step at which dispersion parameters of propagation pathgstimated. This steps performs a nonlinear

optimization that adapts the dictionary matrix of the IARIyaithm. As a consequence, the model
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overfits the measured signal and artifacts are insertedtlirtanodel.

To overcome this we proposed a hypothesis test that expaatsstical structure of the IARD in-
ference expressions. We have shown that due to the optionzat multipath dispersion parameters,
the corresponding sparsity parameters will follow an ertevalue distribution under additive Gaussian
noise assumption. This interpretation permits a corraatiosparsity-driven model order selection within
IARD using binary hypotheses testing. We have shown thastidmedard IARD approach is equivalent to a
hypothesis test with a very high probability of false alamhjch explains model order overestimation. By
adjusting the IARD pruning conditions to guarantee the reésfalse alarm probability, the model order
selection can be improved and correct order can be estineatadin challenging super-resolution regime.
Simulation studies have demonstrated that this adjustalkwts extraction of the true signal sparsity in
simulated scenarios and further acceleration of the cgevere rate of the algorithm as compared to the

classical information-theoretic model order selectiohesnes.
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