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Abstract—In this paper, we propose a low complexity graph- ~and used in the implementation of LMMSE equalization on
based linear minimum mean square error (LMMSE) equalizer  factor graphs. This approach has the advantage of complex-
in order to remove inter-symbol and inter-stream interference in ity linearly increasing with block lengtlv as compared to
multlglezntputmulnple OUtpUtt('\t/."MQ)fFOFCTU”"%ﬁ“O“ Trr]]e Pro,  conventional block LMMSE filtersO(N?3) complexity [14].
posed state space representation inficted on the graph pres — ajthough the factor graph structures with cycles using the
linearly increasing computational complexity with block length. GMP r%les were prop?osgd for SISO and MIMyO ISI cha%nels
Also, owing to the Gaussian assumption used in the presented ivelv in T151. 116 in f is th le f
cycle-free factor graph, the complexity of the suggested ealizer reSpe%t'Vey in [[15], [[18], lour mamLI\/CI)IS/IuSSEISf'It e cycle .é.ee
structure is not affected by the size of the signalling spacen ~ ONnes due to exact equivalence to litering avoliding

addition, we introduce an “efficient way of computing extrinsc  any iterations. There are two different cycle free factapyr

bit log-likelihood ratio (LLR) values for LMMSE estimation structure presented in the literature for SISO systems, [10]
compatible with higher order alphabets which is shown to  [17]. The generalization of [10] to MIMO ISI channels was
perform better than the other methods in the literature. Overall, proposed in[[18] which still ha®(P?) complexity per symbol.

we provide an efficient receiver structure reaching high da&  Also, the mentioned studies including the GMP rules do not
rates in frequency selective MIMO systems whose performamc — haye any performance results for modulation types other tha
is shown to be very close to a genie-aided matched filter bound BPSK signaling due to the lack of LLR exchange algorithm

through extensive simulations. ) -
) _ ) ) In this study, however, we reduce the complexity26P?)
Keywords—Gaussian assumption, Gaussian message passing,  per symbol with the help of a factor graph structure which
faCthr. grtaph, t“{bo quggg, Mll\/{Ot}SI channel, linear LMMSE  {a1e5its roots fromi [17]. Moreover, using Gaussian appnaxi
equalization, extrinSic LLK computation. tion of GMP rules keeps the complexity of the graph algorithm
constant with the increasing constellation size. In addijtthe
. INTRODUCTION presented approach here brings the ease of involving g esti
’ priori information of the transmitted symbols, hence perfectly
MIMO systems have attracted much attention in recent yearmatched with the turbo concept for coded systems. It is also
since they potentially provide high spectral efficiency imew  well suited to fast fading environments since the chanrns ta
less communication applications. Yet, they require cooapid ~ (possibly time-varying) are directly included in the graph
receiver structures so as to handle the distortion caused byherefore, the proposed structure is a very advantageoys wa
the wireless channel characteristics such as the intermsymbof implementing LMMSE filtering for equalization of MIMO
interference (ISI) resulting from the frequency seletyivdf  ISI channels.
the channel between each transmit and receive antenna pair. another important contribution of this study is the propbse
In recent studies, low complexity equalizer structures ar¢ | R exhange algorithm forA/-QAM signaling. LMMSE
proposed to mitigate those distorting effects in MIMO ISl equalizers involved in turbo decoders need a method for
channels. Although, frequency domain (FD) approaches holgansition to binary domain, i.e., bit LLR domain. In theefit
an important place in the literature! [I-{4], due to the prob atyre, there were effective approaches to obtain bit LLB®fr
lems related to FD methods, low complexity time domainthe | MMSE equalizer outputs, such as the Wang-Poor (WP)
approaches have drawn interest from the perspective of thgoproachl[19],[20] and the Joint Gaussian (JG) apprdadh [21
lately studied factor graph theory| [S5]=[10]. Belief propdign  However, applying the WP or JG approaches directly is com-
and sum product algorithms on factor graphs were proposegytationally intensive for factor graphs. Although a siifiet
for both single input single output (SISO) and MIMO sys- expression for extrinsic LLR computation was propose #j [1
tems [11], [12], but they hav® (M T) complexity per symbol for BPSK signaling only, there is no such a work for higher
where M is the constellation size ang is the total number order constellations in the literature within the knowledaf
of non-zerointerferers. the authors except the heuristic methodsLin [22]] [23]. To fil
The Gaussian assumption utilized in the equalizer strastur Up this gap, we derive a transformation from the graph ostput
which provides constant complexity with increasing alpgtab to the bit LLRs based on the WP approach for higher order
size has become popular lately. As an exampie, Kalmamodulation alphabets. Owing to this key connection, esicin
filtering was proposed for coded frequency selective MIMODIt LLR values can be obtained in accordance with the graph
systems in[[13]. However, it hag(P?) complexity per symbol solution without major complexity increase.
where P is the number of interferers, and more importantly In summary, two main contributions of this study are: i) a
lacks the improvement that backward recursion provides. Ostate space graph for time domain LMMSE equalization of
the other hand, the Gaussian message passing (GMP) rulsHMO ISI channels with reduced complexity as compared to
including Kalman filtering (forward recursion) and Kalman the techniques in the literature, ii) a computationally (dien
smoothing (backward recursion) operations are derived9f] method to obtain extrinsic bit LLRs from LMMSE equalizer
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outputs forM-QAM signaling in SISO and MIMO systems. I x /s
Overall, the performance of the proposed extrinsic bit LLR In_fo [ erteavert | Modate Info (Demux EE czglzel
producing algorithm is shown to be better as compared to the °* Symbols

heuristic methods in the literature féf-QAM signaling. Also, P T : -
the performance of the extended LMMSE equalizer using this Deinterleaver|=-{ Demodulate|=—| Equalizer| Mux
LLR producing algorithm is shown to be very close to a genie- ‘
aided matched filter bound [24] through extensive simufetio Bit <
which makes it an efficient receiver that can reach high data Pecisons;
rates in frequency selective MIMO systems. e

The paper is organized as follows. Sectioh Il gives the Fig. 1: System Model
system model. Sectidnll presents our proposed factortgrap
based LMMSE equalizer design. In Sectfod IV, the proposed
LLR exchange algorithm is analyzed in details. We discuss hi1(i)  hio(i) ...  hin, (i)
the computational complexity of the suggested receiver in ho1(i)  haa(i) ... han,(i)
Section[. Sectioi_VI presents the bit error rate (BER) H; = . . . .

‘ Interleaver}—»‘ Modulate

performance results of the proposed receiver structurgtlyt.a b oo .
Section VI concludes the paper. hnoa(@)  hwn2(@) oo hen () 1y o,

and L is the number of channel tapd] is the transmission

block length;H; is the N,. x N, channel matrix at time; xj,

is the transmitted symbol vector of siZé at time k; yy is

the observation vector of siz¥,. at time k andny, represents

) ) ) additive white circularly symmetric complex Gaussian Bois
The notations used in the paper are organized as followsiector with zero mean and covariandgIy, at timek, i.e.,

Lower case letters (e.gz) denote scalars, lower case bold p, ~ CN (0, NoIy,). The input symbol sequence is assumed

letters (e.g.x) denote vectors, upper case bold letters (e.9.4o have independent, identically distributed (i.i.d.) dam

X) denote matrices. For a given random variablen,, v, " ; clor at ti :
w, andw,m, denote its mean, variance, weight andgcwefﬁghtedvar""1b|es and the transnytted symbol ve at time k IS
Xk = [Th1 Tr2 ... TN, for k=1,2,... N wherezy; is

; a0 .
\r;]e%?(r)]r r\:';\arlgce)?n (,%Sr%%ﬁg\./?rlly V{’,he% gndv 'rrlfordgn(%g(ietg the symbol transmitted at th¥" transmit antenna at time
[} X9 X x x X

mean vector, covariance matrix, weight matrix and weightednd its average energy is defined®s i.e., E{|zy,[*} £ E;.
mean vector respectively wheW, £ V,.~1. The indicators For notational convenience, we defifié: L — 1 which denotes
OT, O, and E{} denote transpose, Hermitian transpose andhe memory of the channel. - _
expectation respectively ariddenotes the identity matrix of ~ Considering the multiplexing operation in Figl 1, matrix
proper sizediag(A) is defined as the diagonal elements of representation of{1) can be written sis= Hx + n, where
A and diagMat(a) is defined as the diagonal matrix with y — yT ¥y ... ¥% }T x = [xI'xI ... XT]T n =
diag(diagMat(a)) = a. blkdiag([A1, As, ..., A,]) denotes L2 N+J1 172 NI

T .
the block diagonal matrix wheré” main diagonal matrix [nf ng ... ny, ], andH = Toeplitz([Hy H, ... H,)).
is A;. Lastly, Toeplitz(A), for A = [A1,As,...,A,] is For the described system model, the details of the proposed

defined as o equalizer structure are given in the subsequent section.
Ar 0 0 0 o0

[I. SYSTEM MODEL

I1l. GRAPH BASED LMMSE EQUALIZER FOR
MIMO ISI CHANNEL

In this section, we elucidate the proposed graph structure
: g Lo ; together with the message passing algorithm. Construction
0 0 e 0 A the proposed graph takes its roots from the state space rep-

We consider a MIMO single-carrier communication systemrésentation of LMMSE equalization for‘SISO systemslin [6],
which suffers from the ISI effect due to the wireless naturelLZ]. In fact, the authors of [10] and [18] construct another
of the channel. The block diagram of the discussed transmitt factor graph for LMMSE equalization in SISO and MIMO
and receiver structures are depicted in Elg. 1. At the tréttsm  SyStems respectively based on factorizations. However, th
side, after the coded information bits are interleaved angt@te space representation has couple of advantages @ver th
modulated according to an/-QAM alphabetS, modulated latter approach. First, it is computationally more effitiehs
symbols are spread toV, transmit antennas and sent over {0 be shown, one can compose adjacent blocks with the help
the ISI channel which occurs between each transmit an@f the matrix inversion lemma and reduce the computational
receive antenna. At the receiver, a turbo structure inodi COMplexity toO(P?) per symbol whereP is the number of

the proposed graph based LMMSE equalizer ammbsteriori  interferers; whereas, this type of composition is not redtfor
probability (APP) decoder is operated by use of observationthe %raph structure in_[10]._[18], that results in complgxat

from N, receive antennas. One turbo iteration is defined as on€(£°) per symbol. Moreover, the flow of the messages are
cycle of consecutive operations of equalizer and APP decode€asy to follow on the proposed graph, where operations on

; ; i each building block, shown in Figl 2, are identical to each
We can model the given discrete-time system at times other. On the other hand, messaged in [10]| [18] piece-wisel

L-1 defined on three different regions, which further compésat
Vi = Z Hix,_;+n.; k=12..., N+L—-1, (1) implementation. Hence, in this study, a graph structure is
P constructed using state space representation. The GMP rule

Toeplitz(A) = An Ap_1 ... Al 0



X Xibto are derived in[[B], [[7] and some of which are obtained by
; : matrix inversion lemmeé [25] in the last two columns of Table |

to reduce the computational complexity. A brief descriptad
the forward and backward recursion algorithms is provided
w [, below for thek*" building block. The arrows are used so as
B to show the direction of the messages as a similar notation

to [6]-[8], [17].

Forward Recursion: We aim to reach the information related
to the statex;,,; by use of the known values of the statg
obtained by the previous building block and the operations
given below. Following the direction from left to right oneh
k" building block of the graph in Fi]2, we comp ! and

Fig. 2: Factor Graph of MIMO ISI Channel 7*2’ by usingmix, , \_}gk coming from the previous building
block and the observation vectgy, through [3#){(3b). To get

, , o and V,, ,, we use [(32). With the obtainedh,, . ,,
generated for the graph implementation of LMMSE est|mat|on\—/> L . .
in [5]-[8] are operated on the constructed graph in which" =, Values and the priori information provided by the
all state variables are assumed to have Gaussian distributi APP decodefmy, ., Vi ), the mean and variance values
Therefore, each state variable is represented by a mean antithe state vectok;; are computed by (30),(B2) and used
variance value on the graph which makes it a suitable receiveén the next building block as input. By repeating this praces
for higher order constellations. Before going into the deta for all the building blocks in a serial order, forward redars
of message passing rules, we begin with the state spad¢e completed.
representation of the system presented in SeClion Il totnarts  Backward Recursion: In each building block, the purpose is
the graph structure. For the system described in [Hig. 1, thto obtain the weight matrix and the weighted mean vector
observation vector at timg given in (1) can be rewritten as of the statex; from the known information related to the
statex1 provided by the previous building block. Following

o r the direction from right to left, first we comput&v,,  ,
H=[H,H,_,.. H, Xp=[x{_; x{_, 11 .- x¢]. (3 2rs, 0, . through [BY){(3B) with the help of tha priori

We usel(R){{B) to construct the state space graph repréisenta information coming from the APP decodémy, , , Vi, . )

of the MIMO ISI channels similar td [17] which discusses the ang the obtained information of the staf i (

SISO ISI channel case. For transitions to the next time imsta W = . .

k+ 1, we define %... 1%, ,) by the previous building block. Then, after
< and W ﬁi,, are computed by (33), they are utilized

in @)— ).[38) together with the observation vegyarso as

oreachWy, , Wx, Egk. These operations are applied to each
uilding block serially in a similar way to forward recurgio
except message passing direction.
Xi+1 = F Xgy1 + 2541, Where (4) When forward and backward recursion is completed, the
- T T T T output mean vector and covariance matrix of each state
zit1 = G Xt = [Xj_ 41 Xheyio -+ Xp, O1xn,] (5)  vector x;, are calculated with the help of the obtained

The factor graph representation corresponding o [IIZ)—(Sivikamik) and (W, , W, ifix,) as in [B], [17]
can be seen in Fidgl 2. LMMSE equalization is performed on post \—},1 W 1
this graph with the help of the GMP rules which are first Ve =(Vo + W)™, (6)
proposed in[[5] and later discussed lin [6]-[8],[[17]. Some of post _~yrpost (NF—1—> = -1
the state variable vectors on the graph are named as shown my, =V, (77 axk +W"kﬁxk> ' (7)
in Fig. [2 (such asx;,X,,X,,z, and etc.) to help explain Pproposition 1: V2°**, m2°** given in [8),[T) in this paper are
the algorithm clearly. Each state variable vector on théofac )1 ) i o ) _
graph is assumed to have Gaussian distribution and repesisen €qual toXxy;" , p7;’ in (27),(28) in [18], respectively. In other
by a mean vectofmy,) and a covariance matrixVy, ). words, b(_)tﬁ our graph and the onelin[18] implement LMMSE
A posteriori mean (mgost) and covariance(V?St) of the €qualization, although they have different internal operes;

state variables are calculated through the GMP rules WhiC. e., internal messages do not trivially coincide with eater.

are applied in forward and backward recursions by use o he proqf of Propasition 1 'Spg‘;’ef‘ n Append|ces_. A

the observationgy) and thea priori information(my, ,V§ ) The diagonal elements o7.™ give thea posteriorivari-

coming from the APP decoder. In TaHle | (in A?)kpenx&ices) ance values of the symbols sent from all transmit antennas

some of the GMP rules for basic blocks [7].]17] are providedP&tween the time instants— J andk as given by

for self-containment. Those rules could be directly applie ost . ost ost ost

the building blocks of the graph in Figl 2. Vg = blkdiag ([VféH Vi o Y D )
However, the direct application results in quite a f&yL-

size matrix inversions each of which cosi§N?L3). Hence, \

we also list the GMP rules for composite blocks some of whichdiag (V5 ™) = [diag(VE™ ) diag(VE™ ) ... diag(VES™")],

Xk—J Xk—J+1

Zk41

ykZEEk—i—nkk:l,Q,...,N-f—J, where (2)

Xp417?

G :{ On,sxnve Iy } F= { On,.7x N, }
On,xN:  OnyxNg N,

where0 denotes the all zero matrix of the specified size an
I, denotes the identity matrix of size It can be seen that

where we have



diag(VE') = [vRost wRost  gpost ], than the one in[[22] for M-QAM signaling, there exists no
scientifically proved basis for the idea behind our heuwristi
In a similar way, the elements ofn%’ft includes thea  method. Another method, used in [18], computes the extrinsi
posteriori mean values of the state vectof as below: information (in terms of mean and variance) in Gaussian
. . " domailrll and obtairés theGextrir?sic LLIl?s using trlﬂs im;]ormatio
post _ post post post\T We call it as LMMSE-EG in the simulation results. The reason
W = {(m"kd) (m ) e (m) } »where by this method fails is that it depends on the assumption
] , , L aT where bothp(z ;|y) and p(zx ;) has Gaussian distribution.
post __ post post post 2. 2, . i
my* = [mm miy mzk,Nt] . On the other hand, WP algorithm, which is to be analyzed
. . . in details, works under the assumption that the filtered wutp
S)S/rl‘gggIstqﬁrgbegmhetﬂtesve;yﬂtgk Siatt?]i;’%‘ﬁ%{ i'g' ;iggtgge%yg ihe has aconditional Gaussian distribution given the actual=y
&1 ; . transmitted|[109]. So, the residual interference plus ntéses
output mean vectors and variance matrices as below: is assumed to have a Gaussian distribution, which turns out
post _ ; post post post to be a better and consistent assumption shown by extensive
Vi _blkdmg([v"kdﬂ Vieorin oo V"WD’ ®  simulations in this paper. Consequently, we will base our
bost vost \T [ _post  \7T vost \T17 proposal on the WP approach which is observed to perform
My, = {(mxkf.m) (mxkf.m) (mxm) ] (9 better forM-QAM signaling as compared to the others.
] ) In the subsequent section, we provide the mathematical
It should be noted that the symbols sent from differentmahs  relation between the graph based LMMSE equalizer outputs
antennas are assumed to be independent. Soatpeori  (a posteriorimean and variance values) and the bit LLRs for
information related toxy, is involved in the factor graph as  higher order modulation alphabets. Hence, owing to this key
_ _ _ LT connection, extrinsic bit LLR values from LMMSE estimation
my, £ m"° = [mg’sf mb L omE } ) can be obtained easily in accordance with the graph solution
’ ’ o without any major complexity increase.
Vi 2 VPrie — diagMat ([vp”o pPrio. gPrio D
Xk Xk Tk,1 Tk,2 Tk,Ny

where mngf and vg;:flo are the mean and variance valuesA. Simplified WP Approach for Graph Based LMMSE
computed under the Gaussian assumption by using the LLR WP approach is a famous extrinsic bit LLR computation

values obtained by APP decoder. method for LMMSE estimation which was first
© . presented

e ﬁgﬁlgfr\l}\m&lf igei?]dteh%t?o?%ng?rHQSnOgtr?éjtvgritgﬁcléle\giE%n [19] and later proposed to be used in iterative decodacstr

qualnzer, S ; ures in [20] for SISO systems. Since the input symbols are
at this point, to the extrinsic bit LLRs. In the next section, independent and identically distributed, the multiple fem
we propose an algorithm consistent with the factor graph tQy¢tansmit and receive antennas results in just an enlazgem
maintain the low complexity for higher order alphabets. in signalling space and does not pose a problem to utilize WP

approach for our MIMO system.
IV. LLR EXCHANGE ALGORITHM COMPATIBLE For clear understanding, we can rewrite the observation

WITH THE GRAPH APPROACH vector asy = >3, S0, hy; @ ; + n wherehy ; is the

_ LMMSE equalizer used in turbo decoders needs an algo¢(r —1)N, + j)** column vector of the channel convolution
rithm to transit between binary, i.e., bit LLR domain, and matrix H which corresponds tay ; as given by

Gaussian domain. Transition from binary to Gaussian domain
is rather trivial and can be reached in equations (2.28)2.29 H=[h;;...hyn,...... hpi...hyj.. . hen, .. hy ]

in [26]. On the other hand, there are mathematical mOdAccordin to the WP approach, Gaussian approximation is
els for the extrinsic bit LLR computation of the LMMSE | - afte% the LMMSE pe%ualizétion proces;sp[F:)LQ], [20]. In

?hqeu?lln(szea:pg]rotar\‘ghéi;e[rgilfr\?vh?gr?grgsn(t)Tesu\{gblc[alf‘)c])'r t[rzlg] g?gg ther W?“LS' It_fﬁwqgsEidual iFterferen(l:)e p'“ﬁ noise term ‘%t gh

based LMMSE equalization due to their high computationa lgﬂg;igntdiitribution neg]u?'%]erﬁgr?ceet\r'\vgﬁféﬁ&%@%ﬁen y

complexity caused by matrix inversions of si2g V. In [17], t time & for the it tféns!rﬁ‘i-t antennd. ) given an inout

considering the graph_outputs, the mathematical exprressiog mbol is assurr]1ed to have Gausgiglrcsziigtribution ipe the

of the extrinsic bit LLRs with respect to the JG approach )r/obabilit density function (pdf) ofp(dx|zk; — S') bl

was simplified for BPSK signaling. Also, the authors of|[17] P y 2 h g ph % k.j h’w _d lati

shows the equivalence between the JG and WP approachgg) (#x.i$, 0% ;) With s € S where .5 is the modulation

for BPSK signaling. However, there is no mathematicallya/Phabetl[2D]. An equivalent model for this approximatiamc

justified reduced complexity LLR exchange algorithm for b€ written similarly to [[19] as

higher constellation sizes in the literature to the bestwfo 5, ~_ , . . k=1 N ji=1 N, (10

knowledge. Despite the fact[22] proposed an intuitive rodth T = Hhj Toj F g e N =10 Ny (10)

for M-QAM signaling without any simulation results, we have whererny, ; ~ CN(0, 03 j). To reach the extrinsic information

gll)\ISRe’rIVEd that equljatio@)g [%2? Cauze§l_ #Oth d]iversity anld similar to [20], we re’arrangehthe expression of the filtered
0SSes as shown In Sec -A. 1his perrormance 10Sgpservation at time: for the j¢* transmit antenna by settin

is because equatigi3) in [22] depends on the assumption that ,,,prio _  gnd pPric — 1 sojthat it does not deper¥d on thge

p(zk,;y) has a Gaussian distribution. In addition, we have alsg_ "/ i o If'w i prio . prio hich ai

proposed a heuristic algorithm in which both the intringida currenta priori information (mg7?, v7i*?), which gives

the a priori LLRs are computed under the Gaussian assumption

-~ . H 710 710 .
presented in[[23]. Although it has much better performance Thj = Wiy (v — HmZ™ +mgi " hy ;) (11)

Tk,j



wherew,, ; is the LMMSE filter coefficient vector with length 10 ! w - 6 -LMMSE-LLR in [22] Iter.]

N,(N+J) for the k* transmitted input symbol from thg” 3 . &T® | —e—LMMSE-LLRin[22] Iter§

antenna as expressed by ItWiE'ELGR in [23]
~ ‘ < -

N -1 o ~| —B— LMMSE-WP
rio hN - © - AWGN (jterative)
Wi = (Noly, vy +9_ 02 Chishfy +hishilly) hey (12) ool . 4

i=1,i#k u s >

and, i, ; andoy ; are obtained in[[20] as 1L "o
Pk = Wi B ok = g (1= pi)- (13)
[

If the k' transmitted symbol from thg!" antenna is repre- 10 ‘ ‘ j ‘
sented byb bits of ¢ ; ¢i ; ... ¢} ;], then the extrinsic LLR 4 5 6 7 1

8 9 10
value of theq!” bit of the k** symbol from thej** antenna is SNR, & /N, (08)

expressed by considering the Gaussian assumptidnin (10) 6\§ig. 3: Performance Comparison of Extrinsic LLR Compu-

E%) p(zrj = sldk,;) E%) P(zk,; = 5) tation Algorithms for LMMSE Equalizer64-QAM with ISI
Lofed ) —1n | 3520 R U Channel of = [120001
Bleg,) =1n > plek,; = slk,;) 2 Pz, =) 7! )
s€8¢,1 sE€Sg 1

forg=1,2,...,b whereS, (S,.1) denotes Etle subset of the contribution is due to[(14) which ha®(NN,M log, M)
modulation alphabef’ with symbols whose;™ bit is 0 (1),  complexity per turbo iteration. To reach the overall comjje
andp(zx,; = s)'s are thea priori symbol probability for the  of the presented turbo receiver structure, one may consider
kth transmitted symbol from thg*" antenna. Using Bayes this part, too. However, any equalizer structure usifigQAM

Rule [27], Lg(c] ;) is rewritten by considering the Gaussian modulation requires an algorithm to obtain the bit LLR value
assumption in[(10) as from the symbol probabilities which results in a complexity
similar to that of [(1#4).

g Ssesqo Pk ilk,g = S)p(@r,; = 5)
LE(Ck J) zln ’ - _
’ Zsesw P(Zk,jl2R,; = 8)p(Th,j = S)
. <Zsesq,0 (x5 = 5)
n

2ses,q P(@rj =)

B. Simulation Results for the Simplified WP Approach

> g=1,2,...,b; (14) The performance results of our proposed extrinsic bit LLR
computation method, which is called LMMSE-WP, f64-

o el . 12/ 2 QAM signalling as compared to the ones[in|[18],/[22].][23] are

wherep(iy,j|zx,; = s) o exp(—[x,; — pun5[°/0h ;). given in Fig.[3. Simulations are conducted for a SISO system
As can be seen '@1@3)33”79 complexity of findiyg;,  under the static I1SI channel whose tap amplitudes are giyen b

fi; and oy ; values isO(N°N7) and mainly determined by § — 75 [120001]. A convolutional code with rate /2 and

) which involves a matrix inversion of siz&,.(N + J). . . )
Moreover, there is no mathematical simplification in the ex-generator polynomiail33, 171) is used, the data length is set

trinsic bit LLR expression in{14) fon/-QAM signalling due to be 1800 uncoded bits, and turbo iterations are conducted.

to the summation over symbols unlike the BPSK signalling .
: : ; : To serve as a benchmark for the performances in ISl
case discussed in [17]. Hence, this version of WP approac annel, we also simulate the LMMSE equalizer uriderrbo

is not suitable for the graph based LMMSE equalization. Th : :
expressions in Proposition 1 below provide the key conoacti i;eratlol?sdfcxvo\évl\(l;I\_lt(swlgle—ttapl) (t:rtlﬁnr'kevl\%’(\)lwn l:;y red dalst[\e
between the graph outputa (osteriori mean and variance 1€ Cal€ (iterative) to let the v performance to
values) and the WP parametets, { “andoy, ;) with no be improved by turbo iterations under the bit interleavediecb

P N Mk ke modulation with large signaling spacé4QAM) [28], [29].

major complexity increase. . -Ol
Proposition 2: WP parameters necessary to evaluate theg Among the LMMSE equalizer performances, it is seen that
[

S t 10~* BER level, there is more thaf dB and nearly2 dB
extrinsic LLR can be found based on the graph outputs, name ain of the proposed method with respect to the LLR exchange

a posteriori mean and variance values, through expressions schemes in [22] and [23] respectively. Another importannpo
mpost  prio 1 1 to mention is that the method in_[22] given by equati@)
Thj = | —post — W’;’(j / , (15) leads to no improvement in performance as the number of
turbo iterations increases. Also, our previous heuristthad

post prio

Tk,j Tk,j Tk,j Tk,j

described in[[23] needs a scaling operation which multiplie
Pl _ 1+ 1 _ 1 (16) the bit LLR values at the output of the LMMSE equalizer
cr,%j ;;isjt g:i;? to reach the presented performance in Eig. 3. Since finding

the optimal scalar value requires exhaustive search fon eac
The proof of Proposition 2 is given in Appendices. different configuration, the method i [23] is not a pradtica
With the help of [IB) and[{1B-16), the parameters of WPsolution either. Another method is to compute the extriisic

method { ;. uk,;, ok ;) are easily computed by applying formation (in terms of mean and variance) in Gaussian domain
simple operations to the graph outputs and utiIized]% (d4) t and obtain the extrinsic LLRs using this information|[18]e W
reach the extrinsic bit LLRs related to each transmittedtsylm  call this as LMMSE-EG in Fid.13, which causes a performance
When we consider the computational complexity of the prodoss of1 dB as compared to our method. Since LMMSE-EG
posed extrinsic bit LLR computation algorithm, the dominan has a closer performance to our LMMSE-WP than the others,
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we continue to observe its behavior in other simulations ag,mntation method is the best among all the others in the
well. Overall, for this scenario, the simplified version bt literature for various type of channels and modulation tsde
WP approach for factor graphs is the best choiceMGRQAM

signaling among the other proposed solutions. Hence, we use

this method for the LLR Computation in the rest of our Studyc Convergence Properties of the Proposed Receiver

We next consider a severely distortedap ISI channeltaken  |n this section, the converﬂence properties of the proposed
from [17] with coefficients][0.227,0.460, 0.688, 0.460, 0.227) LLR exchange algorithm for the LMMSE equalizer are investi-
under 16-QAM modulation. A convolutional code with rate gated similar to[[30]-£[32]. Lethe information content function
1/2 and generator polynomial5,7) is used and the data for the MIMO system in[(R) is written as given i [30]. [31]
length is set to bel0000 uncoded bits. The performance .
of LMMSE-WP for different number of turbo iterations is _ q

shown in Fig.[# as compared to the benchmark AWGN 1(z) = NNthZZ [L —log, (1 +exp(=Z{ ;)] (A7)
performance. We also simulate LMMSE-EG, but its BER does b=ts=ta=t

not monotonically decreases with increasing number ofdurbwhereZ = {Z} .} is the extrinsic information sequence in log
iterations. Thus, its best performance for each SNR valugomain for all the bits sent over the transmit antennas and it
IS plotted n Flg[h Since the other methods for LMMSE elements are expressed as

equalization mentioned above are much worse than these two, .

they are not included. It is seen that although suboptignalit Zl = (=1)%sL(c] ). (18)

of LMMSE results in a performance gap to the benchmark, ) 7 o

there is a sharp improvement in the performance of LMMSE-L(cj, ;) in (18) denotes the extrinsic bit LLR value related
WP aroundl4 dB which has & dB gain as compared to the o the ¢'* bit of the k" transmitted symbol from thg"

LMMSE-EG. Moreover, sum product algorithin [11] does notantenna. Since we are interested in the reliability at theutu
converge in this case. We should note that the late but shaig the APP decoder after each turbo iteration, we com (17
improvement of LMMSE-WP is not surprising because thispy taking L(c? ) = Lapp(cl ) in (8) whereLapp(c? )
severe ISI channel is simulated for BPSK in|[17] where BCJRjenotes the extrinsic bit LLR values at the output of the APP
and LMMSI§4equaI|ze_r6s converges to the benchmark at BERjgcqder. Using Monte Carlo simulations for the scenarios in
values of10~* and 10™° respectively. Here, the performance gection[IV-B, we obtain the average information content at
gap is increased due to larger modulation size. the output of the APP decoder with respect to the number of
To further observe the convergence behavior of LMMSE-turbo iterations for different SNR values. As more inteirest
WP, we provide its performance results for turbo iteratibns convergence characteristics of the proposed LLR exchange
to 20 with 64-QAM modulation overl0 randomly generated method under the severe ISI scenarios Is given in[RHig. 6.
ISI channels with5 taps similar to[[1l7] in Figll5. Energy of It can be seen from the results that the reliability of the
each ISI channel is normalized foand coefficients of each extrinsic information converges with the increasing numbe
channel is randomly and independently chosen from Rayleighf turbo iterations. Moreover, for larger SNR values, the
distribution. A convolutional code with rate/2 and generator information content converges to a larger value (meaningemo
polynomial (5,7) is used and the data length is set3@00 reliable estimation) much faster. We also observe that the
bits. To emphasize the difference between LLR computatiomonvergence speed is dependent on the channel condition:
methods, the best performance of LMMSE-EG is includedmore severe ISI channel needs more turbo iterations. Haweve
in Fig. [H. We can see from the results that LMMSE-WPLMMSE-WP converges in all cases, even in severe ISI channel.
converges aroundO turbo iterations, whereas LMMSE-EG  Overall, LMMSE equalization, which is known to be ad-
has an error floor and results in a loss fdB at a BER vantageous in terms of its reduced complexity, superiof per
of 107°. Although we are still in search of a better way to formance results and satisfactory convergence propeidies
analyze this convergence behavior over all channel camdsti  BPSK signalling [[17], becomes a good solution far-QAM
Fig.é shows that LMMSE equalizer with the proposed LLR modulation with the proposed extrinsic LLR exchange method

N Nt b



. T T P e e T T It is a practical receiver for high data rate applications vitish

c K “““““ Rl et lower complexity than those presented in the literatureitnd

& 08116 0AM, A close performance to matched filter bound to be presented in
| vy ) the subsequent section.
No.6F ,/' ___________ 2

.- VI. SIMULATION RESULTS

_______ - We conduct our simulations under quasi-static Rayleigh

. fading channels with independent ISI taps, i.e., each tap
“““““““““““““““““““““““““““““““““““““““““““““““““ is constant over one block and change independently from
o g e 10 channels block to block. The ISI channel between each transmit-vecei

o s 10 15 20 25 30 3 a0 1 0 antenna pair has identical, equal power delay profile simila
Turbo lteration Number to the studies in[]4],[[16],[118], i.e., alL taps have equal

Fig. 6: Convergence Characteristics of the Proposed LLpower which is normLaIilzed SO that2the total power of channel
Exchange Algorithm 16-QAM with Severe ISI Channel of 'e€SPONse is unityy,—, E{|hy;(k)["} = 1, where hi;(k)

10.227,0.460, 0.688, 0.460, 0.227] and 64-QAM with 10 Ran- 1S the k** channel tap between thg'" transmit antenna
dc.)mly’G.ene’ra.ted iSI Ch’arinels) and i** receive antenna. The simulations are based on the

system model in Fig[d1 with a random interleaver and a
ratg 1/(2;1 f?onvolutiog cl:ode whgse genltlerator Imatrix(i:s,jgt)é
under different modulation order. In all simulations,
V. COMPLEXITY ANALYSIS are coded, interleaved and then modulated. The modulated
) o ) symbols are distributed to the transmit antennas by a $patia
The major contribution to the complexity of the proposedmultiplexing operation as given in Fifl 1.
%%ph structure is caused by the matrix inversions[ii](6-7), For the LLR exchange process between the LMMSE equal-
) and [(3B). In each building blocK, [36) arid(39) need toizer and the APP decoder, we use the WP approach explained
be calculated with a complexity @d(N;’) since they involve in SectiorfTV. With our proposed bit LLR exchange algorithm,
matrix inversions of sizeN, thanks to the applied matrix there is no need to apply scaling operations to the extrinsic
inversion lemma. On the other hanf] (6) ahl (7) are applied| R values at the output of the LMMSE equalizer and the
only once for everyL building blocks with a complexity APP decoder to improve the performance contrary to the turbo
of O(N?L?) owing to the shifting property of the state decoding algorithms in the literature [15], [16], [34], |35
vectors as observed il (8). Hence, it correspond3(ty; L?) For all the configurations below, we also provide the
for each building block, i.e., each time instant, where ¢her matched filter bound (MFB) performances as a benchmark
are N building blocks in our system. Therefore, the overallto make a comparison. The MFB performances are obtained
complexity is O(N - max{N2, N?L?}) which is equal to under the assumption that the symbols which cause interfer-
O(N N2 L?) in most of the cases. As a result of this discussionence to the interested symbol due to multi-path and multi-
the overall complexity per symbol per transmit antenna isantenna effects are perfectly known by the receiver for each
O(N?L?). To reach the bit level complexity, we need to interested symbol[[24]. Hence, it is practically impossibl
add O(N N;M log, M) complexity of bit LLR computation to reach MFB performance for any receiver structure. We
method described in Sectidn]IV. However, to make a fairtake MFB performance as a genie-aided lower bound for the
comparison to the previous studies, we continue with theproposed scheme.
complexity for symbol level, i.e.Q(NN?L?) since they gave BER performance of the proposed factor graph based
their complexity analysis in this form. LMMSE equalizer is given in Figl17 for BPSK signalling
When we consider other methods in the literatUre] [12] proWwith Ni = N, = 2 under a5-tap channel. The data length

; : : N, L one in [18] except the interleaver type which is S-random
selective MIMO systems with a complexity @(NM™") in [18]. For BPSK signaling, all of the lIr exchange algorith

where L is the number of non-zero channel taps. When a}pentioned in Section IV-B (with a clear modification to real
high order modulation alphabet is used in a dense channgkansmission) are reduced to the same simple expressien giv
O(NMN+E) is much greater tharO(NN?L?) complexity in Proposition1 in [17]. Thus, the proposed method must
of our method. Another study irl_[33] dﬁscussed a Markovhave identical performance with the one in[18] when using
random field based graphical model resulting in a complexitthe same interleavers since both algorithms implement time
of O(N?n?) per symbol which increases proportional to the domain LMMSE filtering operation. However, there is an error
square of block length. In addition, the proposed Kalmarfloor observed in high SNR regions in_[18], which is caused
filtering solution in [18], which is deprived from the im- by the lir exchange algorithm that is not modified according
provement of backward recursion (Kalman smoothing), has & real transmission. On the other hand, the performance of
complexity of O(N N2 L?). Also, the complexity of the lately the proposed method is very close to the MFB below the BER
studied LMMSE equalizer in[[18] which was proposed tovalue of 10~2 without any diversity loss or error floor, which
implement using a different factor graph structure fromsder can be obtained by using the other llr computation methods
O(NN}L?) which is still greater than the complexity of the modified according to real transmission. From Fig. 7, it isrse
structure in this study. Moreover, although the result af th that only3 iterations are sufficient for LMMSE equalizer under
LMMSE estimation in [[18] is the same as our graph outputthis configuration. Thus, similar to the SISO case, LMMSE is
on Gaussian domain, it results in an error floor for large SNRa good solution to MIMO ISI equalization for BPSK signaling.
values due to their LLR exchange algorithm between Gaussian The important performance difference between our proposed
and binary domains. Overall, our proposed LMMSE solutionllr computation method and the others is observed for larger
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length is set t012000 bits. Although there is a performance
gap of LMMSE-WP to the MFB, it converges sharply to this
benchmark after BER value daf—*. Moreover,10 turbo iter-
ations are sufficient for this performance. However, LMMSE-
EG, which is represented by its best performance aniting
turbo iterations, has an error floor resulting in more tt3an
dB loss for high SNR region. Thus, LMMSE-WP is superior
than LMMSE-EG in terms of computational complexity and
performance for MIMO transmission as well.

Asymmetric MIMO case such als< 6 with 4 tap 1SI channel
with 64-QAM modulation is also simulated where LMMSE
equalizer converges much faster than the case ifFig. 9.-More
over, other scenarios including larger rate convolutiamaes
and/or S-random interleavers designed similar[ta [36]] [37
are simulated. It is observed that using S-random integleav

Fig. 8: BER Performance of the Factor Graph Based LMMSEor Rayleigh block fading MIMO ISI channels with/-QAM

Equalizer ¢ x 2 MIMO with L = 4 for 16-QAM Signaling)

constellations, which is also presented in Sedfion 1V-Batte

we would like to present the performance of such a challeng
ing scenario with higher order constellations for MIMO ISl

transmission this time. Figl 8 depicts simulation resudtslf;-
QAM signaling under al-tap ISI channel withV, = N,. = 2.
The data length is set td096 bits. It can be seen from

Fig. [8 that the proposed method has a performance which

is less thanl dB away from the MFB performance below
the BER value ofl0—* for 7 turbo iterations. The increased
constellation size leads to a higher number of turbo itenasti
for good performance, but turbo iteration number is not
direct multiplier of computational complexity since allghets

modulations does not provide any significant improvement.
Moreover, although increasing rate of convolutional coéee r
sults in later convergence to the genie-aided MFB, perfogeaa
of LMMSE-WP eventually gets very close or almost identical
to that lower bound for large SNR values.

Consequently, all these comparisons show that LMMSE-
WP is a good solution for also MIMO ISI channel with the
proposed llIr exchange method and reduced complexity.

VIl. CONCLUSION

In this study, we developed a factor graph structure for the
LMMSE equalization of frequency selective MIMO channels.
a0ur proposed graph has the advantage of low complexity as
compared to the conventional block LMMSE filtering opera-

do not require7 iterations. Moreover, the constellation size tion and the other graph based LMMSE filtering approaches
M is included only in the complexity term related to the in the literature. In addition, we provided an efficient wefy o
bit LLR computation method in a linearly increasing fashion computing extrinsic LLR values of LMMSE equalization for

Hence, our method is a practical choice as a receiver steictu A/-QAM constellations based on the well-known Wang-Poor
with its solid performance while achieving higher data sate (WP) approach with no major complexity increase. In other
However, LMMSE-EG, the performance of the method.in [18],words, we have shown the mathematical relation between the
suffers from an error floor in high SNR region; although, it is output of the LMMSE equalizer and the WP parameters in a
represented by its best performance amangurbo iterations.  suitable fashion for factor graph. To sum up, we proposeda lo
This difference is observed more dramatically in the nestilte  complexity, practical LMMSE equalizer for turbo decodinig o
where64-QAM is used. MIMO ISI channels with a good performance as confirmed by
Fig. [@ presents simulation result f@4-QAM signaling  our simulation results. Our method comes forefront paldidy
under a4-tap ISI channel withN, = N, = 2. The data for higher constellation sizes with its low computationahc



plexity owing to the Gaussian assumption used in the factoClaim 2: W_u <= E(k) uék),w nm % Eék)iluék)il.
graph and the proposed bit LLR exchange algorithm.

-1

It follows from Claim 1 and 2 thatnp"“ p

APPENDICES Proof of Claim 2: Similarly, by the induction method and the
Proof of Proposition 1: In this section, the proof of the equiv- messa%e passing rules in Table | together with the results of

alency of (V2. m2*") in this paper and(Zﬁ) Ll Claim 1, one can write

in [18] is given for the steady state. One can easily show theW ~ —Ho
equivalency for the transient states following the sampsste /Mg =H Vi yg +

X

[77// }Nt+1:LNt 0 :|1.

k—1
1
In the following steps,(3, 1) denotes the messages in|[18] 0 Vi
with the corresponding indices. [ﬁigil}mﬂ:mt
Claim 1: \7_,, =k andW_// - gk)fl. mi,
_ (k—1) 1
It follows from Claim 1 thatV”"St L _Hvoly, 4 P L e RN _s® 0w
Proof of Claim 1: Using proof by |nduct|0n method, we can n I Vil mi 6 6
obtain V}_,, along the way of forward recursion froﬁ;} (k)ﬂk (k)ff
by the message passing rules in Tdble | as follows To proveww ﬁf” =X5" p;  , itsuffices to show that
k—1)— k41)7— k+1
v [ VIH + [2( )]Nt+1:LNt (1 — Eék)*l Wzk+1 Ezk+l Jian, = [2(7 i )]1;JNt [N; i )]I:JNt-
X 0 ’

. ) ) > Along the way of backward recursion froﬁ
where V,, is the covariance matrix of the noise vectof,  Table[], we have

[A]..» denotes the sub-matrix of composed of the elements ~
located between rows : b and columnsa : b, and [A],, ngﬂﬁgkﬂ =(I- KFCF™) (K — KFmi, ) , where
denotes the inverse c@ﬂ]a be

using

Zjt2

K K
To provewfu = 2(’“) , it suffices to show that K £ kaﬂ £ [ K; Ki } ,C & (Vikjl + FHKF)
[Wszrl]l:JNt = [2(k+1)]1 JN¢* K AWXICJrlExICJrl = [Kf K;}

Along the way of backward recursion froﬁKI using By simple matrix operations one can obtain the following

Tablel, we have

Zkt2

[Wikﬂ Eik+1}1:JNt =Ki—

H. — 0 0 _

Wilﬂrl =H anH + |: 0 [W2k+2]liJNt :| = <Viki1 +K4> (K2 +V’l‘k+1 ik+1).
s K, Ky and On the other hand, using inductio,m(f“) can be written as
0T | K3 (Ky)n,xn, ) ) i

k4+1) o (k+1 ~ 1
0 0 X K7 =3 [ K2+V¢*1m¢ ] (20)
WzHl = (Vmﬁ + [ 0 Vi D Combining Kﬂ? and[(20) using elementary matrix operations
. T proves Clai as follows
1 KoV _
[ 0 1+ ;{4$¢1 ] - K, Iz <7k+1)h JN: [H(IH M, = K1+ (K1 — Kz(ka+1 + Ka) 7' K3)-
Xk+1

(-Ky 1K2(V}(k+11 + K4 — KK Ko)™ )(ng,i(kj1 ,ﬁ;il)

where inverse of a block diagonal matrix [n [38] gives
— Ky — K> (vl 1 +K4> (K + Vil mi ).

1 1 Xk+1 X1 Mg
[Wzkﬂ]l;mt =K, — K> (Vik+1 + K4) K.

) ) ) Proof of Proposition 2. The LMMSE filter coefficient vector
Also, by induction method, it can be shown that for the k" transmitted symbol from thg’" transmit antenna,

-1 wy, j, previously given in[(I2) can be rewritten as

nkD (K+ [ o0 D . (19) ' o

0 ka+1 Wk j = (ka,j + hkgthj) hk_’j, where (21)
And, the result follows from the inversion rule of block N )

diagonal matrix[[38] as given by Ve, = Noly, (nyr) + Z vﬁj;"hiyjhfj. (22)

_ i=1,i%k

k -1 !
=], = (Kl Ko (Vikjl + K4) K3) - By matrix inversion lemma [25][{21) could be simplified to

- Vfl h .

It should be noted thﬁzk+1 »¢*+D™" On the other hand, Wi, = M (23)

what we have proved is thaWyz, , ]1.7n, = [ZJ('““)]1 TN,



TABLE I: GMP Rules for Basic and Composite Blocks 2l
Blocks GMP Rules
x z z = Wx + VVT (28) 3]
Wy = Wy mx + Wim] (29)
vz = vx + Vyy Bz = H>lx + m; (30)
x = z+v;ru $xzﬁz_ (31) A
Vy = AV, AH, iy = Afiix (32) 141
W, = AH W, A, W, fn, = A# W, fn, (33) 5
V.= Vx— VxAHBAV, (34)
Wy = Mx + V AHB(m — ARtix) (35)
B = (V) + AV AH)~ (36)
Wy = W, - W,ACAHW, @7 18]
Widtix = (1- W,ACAH )«
(W, fa, — W Am) 38 7]
C = (Wi + AHW,A)"! (39)
Inserting [28) into[(I11) gives (8]
hil, vl
Bpj=——d  (y— Hmww +h mmw (24
" hiijsJ,j by ( mEs) @ [9]
The outputs of the LMMSE equalizer, tlaeposteriorimean
and variance values, are defined|inl[39] and used_ih [17] as
1 10
= @5
1/ + bl V! by
[11]
ot g;L?/’UﬁZ?; —+ hk’]V (y HmPT 10 + hy ng;f?)
Tk,j 1/1}57“?? th 'Vg 1.hk,j .
ki 3V €k, (26) [12]
Using (24){26) we obtain
mgOSt grzo - 710 710 [13]
pokst - prlci;) hH ng . (y Hmp + hka] p )
Tk,j Tk,j
=ip; (1+0,Ve by ). @7) L
Combining [(25) and:(27) gives the expressiongf@r7 in (I5).
Note that[(IB) gives?; ./, ; ka ;- Then, the result
in (I8) follows from (ZB) and[(ZS [15]

The derivations given above provide a mathematical tran-
sition between the LMMSE equalizer outputs and the com-
monly used WP approach for the extrinsic LLR calculation
which is very useful particularly for the graph based LMMSE [16]
algorithms for M -QAM modulation.

GMP Rules: The GMP rules for basic and composite building
blocks are given in Tablg I.
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