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Abstract—n this work we examine blind adaptive and it-
erative decision feedback (DF) receivers for direct sequee
code division multiple access (DS-CDMA) systems in frequey
selective channels. Code-constrained minimum variance (@V)
and constant modulus (CCM) design criteria for DF receivers
based on constrained optimization techniques are investiged for
scenarios subject to multipath. Computationally efficientblind
adaptive stochastic gradient (SG) and recursive least sques
(RLS) algorithms are developed for estimating the parametes
of DF detectors along with successive, parallel and iterate DF
structures. A novel successive parallel arbitrated DF schae
is presented and combined with iterative techniques for use

with cascaded DF stages in order to mitigate the deleterious

effects of error propagation. Simulation results for an upink

scenario assess the algorithms, the blind adaptive DF detecs
against linear receivers and evaluate the effects of error qop-

agation of the new cancellations techniques against previsly
reported approaches.n this work we examine blind adaptive ad
iterative decision feedback (DF) receivers for direct segence
code division multiple access (DS-CDMA) systems in frequey
selective channels. Code-constrained minimum variance (@V)

and constant modulus (CCM) design criteria for DF receivers
based on constrained optimization techniques are investiged for
scenarios subject to multipath. Computationally efficient blind

adaptive stochastic gradient (SG) and recursive least sques
(RLS) algorithms are developed for estimating the parametes
of DF detectors along with successive, parallel and iterate DF
structures. A novel successive parallel arbitrated DF schee is
presented and combined with iterative techniques for use wh

cascaded DF stages in order to mitigate the deleterious effes
of error propagation. Simulation results for an uplink scenario

assess the algorithms, the blind adaptive DF detectors agsit
linear receivers and evaluate the effects of error propagabn

of the new cancellations techniques against previously repted

approaches.|

I. INTRODUCTION

to share bandwidth with narrowband communication systems
without deterioration of either’s systems performance [2].

Demodulating a desired user in a DS-CDMA network
requires processing the received signal in order to maigét
ferent types of interference, namely, narrowband interfee
(NBI), multi-access interference (MAI), inter-symbol émfer-
ence (ISI) and the noise at the receiver. The major source of
interference in most CDMA systems is MAI, which arises due
to the fact that users communicate through the same physical
channel with non-orthogonal signals. The conventionalys-
user) receiver that employs a filter matched to the signature
sequence does not suppress MAI and is very sensitive to
differences in power between the received signals (near-fa
problem). Multiuser detection has been proposed as a means
to suppress MAI, increasing the capacity and the performanc
of CDMA systems|[1],[[2]. The optimal multiuser detector of
Verdu [3] suffers from exponential complexity and requittes
knowledge of timing, amplitude and signature sequences. Th
fact has motivated the development of various sub-optimal
strategies: the linear 4] and decision feedback [5] resrsiv
the successive interference canceller [6] and the muiiista
detectorl[7]. For uplink scenarios, decision feedbackatite,
which is relatively simple and performs linear interferenc
suppression followed by interference cancellation wasvsho
to provide substantial gains over linear detecti(adn [5], [80],

7.

When used with short code or repeated spreading codes,
adaptive signal processing methods are suitable to CDMA
systems because they can track the highly dynamic condition
often encountered in such systems due to the mobility of
mobile terminals and the random nature of the channel ac-
cess. Adaptive techniques can also alleviate the compatiti
complexity required for parameter estimation. In pargécul

CO_DE division multiple access (CDMA) implemented,|ing adaptive signal processing is an interesting altaraa

\s with direct sequence (DS) spread-spectrum signalling, sjwations where a receiver loses track of the desired us
is amongst the most promising multiple access technologigsq/or a training sequence is not available. In this context
for current and future communication systems. Such sesviq§ing linear receivers for DS-CDMA have been proposed in

include third—gengration ceIIu.Iar telephony, _indoor UBES  iha |ast years to supress MAT[13], 14, 115], J16]. [1 7181
networks, terrestrial and satellite communication systéfte  gjing Jinear solutions for flat channels have been reported

advantages of CDMA include good performance in multi-pay; the first time in [13], where the blind detector was
chann_els,_ flexibility in the z_;tllocatio_n of channels, incsed_ designed on the basis of the minimum output energy (MOE) or
capacity in bursty and fading environments and the abilipginimum variance (MV). Following the initial success of the
MV receiver [13], blind receivers using the constant modulu
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were reported in[14]/116] and [17]. In this context, the wor
by Tugnait and Lil[1¥] is an inverse filtering criterion andego

not exploit the energy contained in the signal copies abkla
in multipath, leading to performance degradation as coatpar
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to supervised solutions. In order to improve performanag abase station is given by
close the gap between blind and trained solutions, Xu and -
Tsatsanis[[15] exploited the multipath components through _ . .
a constrained MV (CMV) method_[15] that treats different wr(t) = A Z be(D)se(t = iT) @
signal copies as variables and jointly optimizes the remeiv
and channel parameters. Another solution that outperformehered, (i) € {+1} denotes the-th symbol for user, the
the CMV technique of[[15] was proposed by Xu and Liuweal valued spreading waveform and the amplitude assdciate
[18] for multipath environments, in which constrained atilap with user k& are s (t) and Ay, respectively. The spreading
linear receivers are derived based upon the joint optineizat waveforms are expressed by (t) = vazl ar (i) p(t — iT,),
of channel and receiver parameters in accordance with heere ay(i) € {£1/VN}, ¢(t) is the chip waverform],
constant modulus criterion. Recently, a code-constralded is the chip duration andv = T'/T. is the processing gain.
design for linear receivers and an RLS algorithm, that outssuming that the receiver is synchronised with the maih pat
perform previous approaches, were presented_in [21] fortlée coherently demodulated composite received signal is
downlink scenario.

Although relatively simple, DF structures can perform sig-
nificantly better than linear systems and the existing work r(t) = Z Z haoa (82w (t = To0) +n(2) @
on blind adaptive DF receivers was restricted to singlé+pat k=1 1=0
channels solutions [22]. [23]. [24] and have to be modified fQuheren,, ;(¢) and . ; are, respectively, the channel coefficient
multipath. Detectors with DF are especially interestingsse and the delay associated with théh path and the:-th user.
they offer the possibility of different types of cancelati Assuming thatr,; = I7., the channel is constant during each
namely, successive [8]L[9], parallel [10] and iterativel]ll symbol interval and the spreading codes are repeated from
[12], which lead to different performances and degrees gfmhol to symbol, the received signgk) after filtering by a

robustness against error propagation. This paper addresgfip-pulse matched filter and sampled at chip rate yields the
blind adaptive DF detection for multipath channels in DSjs-dimensional received vector

CDMA systems based on constrained optimization techniques

1=—00

K Lp—1

using the MV and CM criteria. The CMV and CCM solutions . al . . .

for the design of blind DF CDMA receivers are presented and r(i) = Z H: (1) AxSbi (i) +n(i) ®)
then computationally efficient blind adaptive algorithnte a k=1

developed for MAI, intersymbol interference (ISI) supmies \where \/ = N + Ly, —1, n(i) = [n1(i) ... na(i)]" is

and channel estimation. The second contribution of thiskwoghe complex Gaussian noise vector wiflin(i)n (i)] = 21,

is a novel successive parallel arbitrated DF structurecbase \here(-)” and(-)# denote transpose and Hermitian transpose,

the recent concept of parallel arbitration [25]. The new Dfespectively[-] stands for ensemble average, the user symbol

detector is then combined with iterative cascaded DF stag@gctor isby (i) = [b (i) ... bi(i — Ls + 1)]7, the amplitude
resulting in an improved DF receiver structure that is corapa of yserk is A4, the channel vector of user is hy(i) =

with previously reported methods. Computer simulations e 50(d) - hir.—1(D)]T, Ly is the ISI span and the(L, x
periments show the effectiveness of the proposed blind D) x 1., diagonal matrix S;, with N-chips shifted versions
system for refining soft estimates and mitigating the ef@€t of the signature of usek is given by

error propagation.

This paper is organized as follows. Section Il briefly de- s, 0 ... O
scribes the DS-CDMA communication system model. The 0 si . 0
constrained decision feedback receivers and the blindrean Sk = o _ 4)
estimation procedure are described in Section Ill. Sedon oo T
is devoted to the successive parallel arbitrated and iverBt- 0 0 ... sg

cancellation techniques, whereas Section V is dedicat#ueto _ _
derivation of adaptive SG algorithms and RLS type algorghmwheres, = [ax(1)...ax(N)]” is the signature sequence for
Section VI presents and discusses the simulation resutts dfe k-th user and theM x (L, x N) channel matrix Hy (i)

Section VIl gives the conclusions of this work. for userk is
hio(@) ... her,—1(d) ... 0 0
Il. DS-CDMA SYSTEM MODEL Hy, (i) = : :
_ _ . 0 0 hio(i) ... hgr,—1(%)
Let us consider the uplink of a symbol synchronous binary (5)
phase-shift keying (BPSK) DS-CDMA system witti users, where hy (i) = hg, (7). The MAI comes from the

N chips per symbol and.,, propagation paths. It should benon-orthogonality between the received signature seasenc
remarked that a synchronous model is assumed for simplicityhereas the 1SI spah, depends on the length of the channel
although it captures most of the features of more realistiesponse, which is related to the length of the chip sequence
asynchronous models with small to moderate delay spreaBer L, =1, L, =1 (no ISl), for 1 < L, < N,L, =2, for

The baseband signal transmitted by théh active user to the N < L, < 2N, L, = 3.



il 2li) b F (1) is strictly lower triangular, whereas for parallel DF (P-

e s el — DF) [10], [11] F(i) is full and constrained to have zeros on
Ml [MxKk  Exl /, Kl the main diagonal in order to avoid cancelling the desired
symbols. The S-DF structure is optimal in the sense of that it

achieves the sum capacity of the synchronous CDMA channel
with AWGN [9]. In addition, the S-DF scheme is less affected
by error propagation although it generally does not provide
uniform performance over the user population, which is a
desirable characteristic for uplink scenarios. In thistegh
the P-DF system can offer uniform performance over the users
but is it suffers from error propagation. In order to design
the DF receivers and satisfy the constraints of S-DF and P-
I11. BLIND DECISION FEEDBACK CONSTRAINED DF structures, the designer must obtain the vector witliainit
RECEIVERS decisionsb (i) = sgn[R(W¥ (i)r(i))] and then resort to the

Let us describe the design of synchronous blind decisi{frﬂ"ovwng cancellation approach. The non-zero part of therfi

feedback constrained detectors, as the one shown in Fig. 1."| corresponds to the number of used feedback connections

should be remarked that portions of the material preserdesl hand to the users to be cance_lled. qu the S-DF, the number
were presented ifi [19]. Consider the received veetor, and of feedback elements and their associated number of nan-zer

let us introduce the/ x I, constraint matrixCy, that contains filter coefficients inf, (wherek goes from the second detected

. . : . user to the last one) range fromto K — 1. For the P-DF,
one-chip shifted versions of the signature sequence forse the feedback connections used and their associated nurhber o

KxK

o
Blind Adaptive hk Blind Channel
Algorithms Estimation

Fig. 1. Block diagram of a blind multiuser decision feedbaekeiver.

ag(1) 0 non-zero filter coefficients i, are equal toK — 1 for all
: . users and the matri¥'(i) has zeros on the main diagonal to
Ch = ' - an(l) (6) avoid cancelling the desired symbols.
ar(N) : In what follows, constrained CM and MV design criteria for

. DF detectors are presented. The CMV design for DF receivers
0 - ax(N) generalizes the work on linear structures of Xu and Tsatsani

The input to the hard decision device, depicted in Fig. 13], whereas the CCM design is proposed here for both linear

corresponding to théth symbol is and DF schemes.
N Hy- N 1A N
2(i) = W7 (0)r(i) — F7(0)b(i) (") A DE Constrained Constant Modulus (DF-CCM) Receivers
where the inputz(i) = [z1(i) ... zx(i)]", W(i) = To describe the DF-CCM receiver design let us consider the
[wi ... wg] is M x K the feedforward matrixb(i) = CM cost function:

[b1(7) ... bg(i)]T is the K x 1 vector of estimated symbols, _ Hoo o oH st 12 a2 N
which are fed back through th& x K feedback matrix Jcn(i) = E[(|Wk (@)r(@)—f£;" ()b ()" ~1) } = El(l2r(9)["=1)7]
F(i) = [f1(i) ... fx(i)]. Generally, the DF receiver design is (10)
equivalent to determining for uséra feedforward filtew (i) subject toC{'wy (i) = vhy(i), wherezy(i) = wif (i)r(i) —
with M/ elements and a feedback ofidi) with X elements £ (i)b(i). Assuming that the channel vecthy, is known,
that provide an estimate of the desired symbol: Iet[ us consider the unconstrained }COSt functié,, (i) =
. Hooo s eHyaf E|(wi (i)r(@) — £1@)b@E)> — 1)?| + 2R[(C{Twi(i) —
(i) = wi (i) — £7()b() F=1.2,, K (8) v hy(i))# ], where X is a vector of complex Lagrange
whereE)(z') = sgn[R(WH (i)r(i))] is the vector with initial multipliers. The functionJ(.,,(i) is minimized with re-
decisions provided by the linear sectionw; and f, are Spect to wy (i) and fi(i) under the set of constraints
optimized by the MV or the CM cost functions, subject to £5 wx(i) = v hy(i). Taking the gradient terms of
set multipath constraints given b wy, (i) = hy (i) for the Jom(i)" with respect towy (i) and setting them to zero
MV case, orCHwy,(i) = vhy (i) for the CM case, whergis we have VJon (i) = 2B[(lwi! (i)r(i) — £ (i)b(i)]* —
a constant to ensure the convexity of the CM-based receigr(i)(r” (i)wy (i) — b (i)f(i))] + 2CxA = 0, then re-
and hy(i) is the kth user channel vector. In particular, thearranging the terms we obtaifi[|z (i)[*r(i)r" (i) wy (i) =
feedback filterfy, (i) of user k has a number of non-zeroE|z;(i)r(i)] + El|zx(i)|?r(i)b" (i)]fi (i) — CrxA and conse-
coefficients corresponding to the available number of feekb quently wy, (i) = R; " (¢)[dx (i) + Tk (i) (i) — CxA], where

connections for each type of cancellation structure. Tha! filRy (i) = E[|z(¢)[*r(i)r? (1)), Tr(i) = B[z (i)]*r(i)b(3)],

detected symbol is obtained with: dip(i) = E[z;(i)r(i)] and the asterisk denotes complex

. . conjugation. Using the constrainCfwy (i) = v hg(i)

bﬁ(i)zsgn(%{zk(i)}) =Sgn(%[Wf(i)r(i)—f;f(i)b(i)p, we=akrike . .at{ the expression for the Lagrange multi-
9) oplier A = (CIR.'()Cy) H(CIR, (i) Th(i)fi(i) +

where R(.) selects the real part anggn(.) is the signum CHR;'(i)dx(i) — v hy(i)). By substituting into wy,(i) =
function. For successive DF (S-DF)| [8], th€ x K matrix R, '(i)[ds (i) + Tk (i)f; (i) — CrA] we obtain the solution for



the feedforward section of the DF-CCM receiver: (CkHR’l(i)T(z‘)fk(z‘) B hk(i))] (14)
wi (i) = Ry ' (i) | di (4)+Tr (), (1) - Cu(CHER, (i) Cr) H x
) g ()[ s+ TR0~ Cr(CL R, ()G Next, we compute the gradient terms df, (i) with re-
spect tofi(i) and set them to zero to ge&¥.Jy, (i) =
(cgf R; (i) Ty (i) (i) + CIR; (i) dy (i) — v hk(i))) E[b(i)(r" (i)w (i) — bY (i)fi(i))] = 0, then rearranging the
terms we havel[b(i)b* (i)|fi. (i) = E[b(i)rf (i)]w(i) and
(11) consequently we obtain
where the expression in (11) is a function of previous val-
ues of w(i) and the channeh,(i). To obtain the CCM fu(i) = B71(d) [TH(i)wk(i)} (15)
solution for the parameter vectdy, of the feedback sec-

tion, we compute the gradient terms df,,, with respect whereB(i) = E[b(i)b" (i)]. At this point, the designer can
0

to fi and by setting them to zero we haWeJ;,, (i) = avoid the inversion oB(i) by using a judicious approxima-

2E[(|21(3)|2 = 1)b(i)(rH (i)wy (i) — BH (i)f,(i))] = 0, then tion, that isT ~ E[b(i)b* (i)] [2], which is verified unless

rearranging the terms we gef[|z(i)[2b(i)b" (i)fi (i) = the error rate is high. Hence, the feedback section filter can

E[|z(i)[2b(i)rH (i))wi (i) — E[2;(i)b(i)] and consequently be designed as given Hy (i) ~ T (i)wy(i). It should also

we have be noted that by makingf; (i) = 0 we arrive at the solution
£.(1) = I, TH (i) w (i) — Vk(i)} (12) of Xu and Tsatsanis iri [15].

where I, = EJ[|z.(4)|*b(i)b" (i)] and vy, = E[z;(i)b(i)]. , N

We remark that (11) and (12) should be iterated in order % Blind Chgnnel Estimation )

estimate the desired user symbols. The CCM linear receiver! N€ solutions for the CCM and CMV DF receivers assume
solution proposed in[21] is obtained by makifig(i) = 0 the_ knowledge of the cha_nnel parameters. However, in appli-
in (11). An analysis of the CCM method in the Appendi%at'ons where multipath is pr_eserjt th.ese parameters are not
| examines its convergence properties for the linear recenkNOWn and thus channel estimation is required. To blindly
case, extending previous results on its convexity for bo@stimate the channel we use the method of [15], [26]:
complex and m_uItipath ;ignals. Since the optimization @f th flk(i) = argmin h7 CTR7(i)Cyhy, (16)

CCM cost function for a linear receivefy(i) = 0) is a convex hy

optimization, as shown in the Appendix I, it provides a goo
starting point for performing the cancellation of the asated
users by the feedforward section of the DF-CCM receiver.

gubject to||hy|| = 1, wherep is an integer and whose solution

is the eigenvector corresponding to the minimum eigenvalue
of the L, x L, matrix CFR~7(i)C. For the CCM receiver

: . : _ we employ Ry (%) in lieu of R(:) (used for the CMV) for

B. DF Constrained Minimum Variance (DF-CMV) RecalVers . nef estimation. The use Rf; (i) instead ofR avoids the

The DF-CMV receiver design resembles the DF-CCM desstimation of botfR (i) andRy (i), and shows no performance

sign and considers the following cost function : loss as verified in our studies and explained in Appendix IV.
N AT The values op are restricted té even though the performance
= B[ |wf! ~ £ (1)b(0) ] 13 ! .
Tuv Wi (0)r(@) — £ ()b ()| (13) of the channel estimator and consequently of the receiver ca

subject toCH wy, (i) = hy(i). Given the channel vectdr, (i), De improved by increasing.
let us consider the unconstrained cost functifip, (i) =
E |wkH(i)r(i) _ f]fl(i)f)(i)|2 + 2§R[(CkHwk(i) —hy (i), IV. SUCCESSIVEPARALLEL ARBITRATED AND ITERATIVE

where X is a vector of complex Lagrange multipliers, and DF DETECTION

minimize Jj, (i) with respect tow; (i) and fi(i) under In this section, we present novel iterative techniquesctvhi
the set of constraintCHwy(i) = hy(i). By taking the are based on the recently introduced concept of parallel
gradient terms of/} (i) with respect tow, (i) and setting arbitration [25], and combine them with iterative cascabéd
them to zero we haveVJ), (i) = E[r(i)(r® (i)wi(i) — stages[[11],[[12]. The motivation for the novel DF structure
b ()£ (i))] + 2CxA = 0, then rearranging the terms weis to mitigate the effects of error propagation often found
obtain E[r(i)r? (i)]wg (i) = E[r(i)b¥ (i)fr(i) — 2C;X and in P-DF structures[11],[T12], that are of great interest for

consequentlyw (i) = R7!(i)[T(i)fx(i) — 2CrA], where uplink scenarios due to its capability of providing uniform
the covariance matrix iR = E[r(i)r(i)] and T(i) = performance over the users. The basic idea is to improve the
E[r(i)b(i)]. Using the constraintCZw, (i) = h(i) we S-DF structure using parallel searches and then combine it

arrive at the expression for the Lagrange multipler= with an iterative technique, where the second stage uses a P-
(CHR™(i)Cy) " (CHR'(i)T(i)fx (i) — hx(i))/2. By sub- DF system to equalize the performance of the users.

stituting A into wi(i) = R7Y)[T(i)fi(i) — 2CxA] we

obtain the solution for the feedforward section of the DFACM p g ccessive Parallel Arbitrated DE Detection

receiver: ) o ] )
The idea of parallel arbitration is to employ successive

wi(i) = R™1(3) | T(0)f, (i) — Cu(CHR ™' (4)Cy) "' x interference cancglla?ion (SIC) tp rapidly converge to ealo
maximum of the likelihood function and, by running parallel



branches of SIC with different orders of cancellation, oag c respect to user cancellation ordering. It is also worthnmpti

arrive at sufficiently different local maxima_ [25]. In ordey that different update orders have been tried although tley d

obtain the benefits of parallel search, the candidates dhonbt result in performance improvements. For the proposed

be arbitrated, yielding different estimates of a symbole THSPA-DF, the number of feedback elements used and their

estimate of a symbol that has the highest likelihood is thessociated number of non-zero filter coefficientsin(where

selected at the output. k goes from the second detected user to the last one) range
Unlike the work of Barriac and Madhow [25] that employedrom 1 to K — 1 according to the branchand the matrixM;.

matched filters as the starting point, we adopt blind DF The final outputl},’;(z‘) of the SPA-DF detector chooses the

receivers as the initial condition. The concept of parallestimate of thel, candidates as described by:

arbitration is thus incorporated into a DF detector strietu

that applies linear interference suppression followed by S Bz(cf)(i) — Sgn[arg max |§R(le€(i))|] (19)

and yields improved starting points as compared to matched 1=i<L

filters. It is also worth noting that our approach does n

require regeneration as occurs with the original PASIC Bj [2

because the blind adaptive filters automatically compuge t

%here the selected estimate is the one with largest real
Fagnitude, that forms the vector of final decisidmfg)(z‘) =
b

¢, 2 () (T
coefficients for interference cancellation. A block diagraf 1 (’? - by (,’)] ' The_ numb_er of parallel branches
the proposed scheme, denoted successive parallel aetiitré?at yield detection candidates is a parameter that must be

decision feedback (SPA-DF), is shown in Fig. 2. _chqsen by the design_er. Our studies and (_:omputer simugation
indicate thatl. = 4 achieves most of the gains of the proposed
structure and offers a good trade-off between performance
and complexity. In terms of complexity the SPA-DF system
employs the same filters, nameW (i) and F(i), of the
traditional S-DF and requires additional arithmetic opieres

to compute the parallel arbitrated candidates. As occutis wi
S-DF receivers, a disadvantage of the SPA-DF detector s tha
it generally does not provide uniform performance over the
user population. Specifically, in a scenario with tight powe
control successive techniques tend to favor the last datect
Fig. 2. Block diagram of the proposed blind SPA-DF receiver. users, resulting in non-uniform performance. To equalize t
performance of the users an iterative technique with meltip
stages can be used.

Following the schematics of Fig. 2, the ugeoutput of the

parallel branchl (I = 1, ..., L) for the SPA-DF receiver
structure is given by: B. lterative Successive Parallel Arbitrated DF Detection
2L (i) = wi (i)r(i) — M) B(i) 17y In [111, Wopdward.et al. presented an iterative detector
S o o with an S-DF in the first stage and P-DF or S-DF structures,
where the vector with initial decisions isb(i) = with users being demodulated in reverse order, in the second

sgn[R(W (i)r(i))] and the matricesM; are permutated stage. The work of [11] was then extended to account for
square identity Kx) matrices with dimensiot whose struc- coded systems and training-based reduced-rank filters [12]
tures for anL = 4-branch SPA-DF scheme are given by:  pifferently from [11], [12], we focus on blind adaptive re-
M. - To. M. — Of/a3K/4 L3/ ceivers, unc_:od(_ed sy_stems anq combin_e the_ proposgd_SPA—DF
1=K, V2= [ Ty Of/a3K/4 structure with iterative detection. An iterative receiweith

hard-decision feedback is defined by the recursion:
0 ... 1 .
il B R TR T 2" (0) = W i)e(i) - F (B0 (20)
K2 K/2 1 ... 0 where the filtersW andF can be S-DF or P-DF structures, and

b™ (i) is the vector of tentative decisions from the preceding

where 0,,, ,, denotes anm x n-dimensional matrix full of . . )
’ iteration, where we have:

zeros and the structures of the matricks correspond to

phase shifts regarding the cancellation order of the users. f,(l)(i) = sgn(@?[WH(i)r(i)D (21)
Indeed, the purpose of the matrices in (18) is to change the
order of cancellation. WheM = I the order of cancellation b (3) = sgn (8‘% [Z(m)(i)D’ m>1 (22)

is a simple successive cancellation (S-DF) based upon the

user powers (the same ds [8]/] [9]). Specifically, the abowhere the number of stages depends on the application.
matrices perform the cancellation with the following ordeAdditional stages can be added where the order of the users
with respect to user powerd; with 1,..., K; My with is reversed from stage to stage.

K/AK/A+1,... K, 1,...,K/4—1,M3 with K/2, K/2 + To equalize the performance over the user population, we
1,...,K,1,...,K/2—1; My with K,... 1 (reverse order). consider the two-stage structure shown in Fig. 3. The fiagfest
For more branches, additional phase shifts are applied wishan SPA-DF scheme with filte! and F'. The tentative



ay A

W rEmme] B oo b of [27] with SG CCM-based algorithms considerably improves
W, 1 ,—»;;{f’fﬁ” its performance, because blind channel estimators thaorel
' the CM criterion show poor performance and depend on other
methods for initialization, as pointed out in [18].
Fig. 3. Block diagram of the two-stage DF receiver with SPR-Bcheme In terms of performance, RLS recursions have the potential
in the first stage. The second stage can employ S-DF or P-DEtstes to hi d £ ind d v of th d of
demodulate users in reverse order relative to the first brahthe first stage, to ac_ leve good per o_rmanc:(_e Independently 0 the sprea 0
that uses S-DF detection. the eigenvalues of the input signal autocorrelation malvéxe
faster convergence performance, show superior perforenanc

under fast frequency selective fading channels and can cope

decisions are passed to the second stage, which consists of/#h larger systems [29] than SG techniques.

S-DF or an P-DF detector with filte®/2 andF2. The usersin  In terms of complexity SG algorithms require a number of
the second stage are demodulated successively and ineevepgrations that grows linearly with/ and additional users
order relative to the first branch of the SPA-DF structure (A order to suppress MAI, ISI and estimate the channel [27],
conventional S-DF). The resulting iterative receiver sgsis Whereas RLS techniques have quadratic complexity implemen
denoted ISPAS-DF when an S-DF scheme is deployed in f#@ion for MAI, ISI suppression and channel estimation.
second stage, whereas for a P-DF filters in the second stage th
overall scheme is called ISPAP-DF. The output of the secoi&d
stage of the resulting scheme is expressed by: '

Sochastic Gradient and RLS Blind Channel Estimation

@), o H 2 HE(2) (s The channel estimathy (i) is obtained through the power
z; (i) = MW= ()] r(i) — [MF-({)];'b*™ (i) (23) method and the SG and RLS techniques described i [26].
where z; is the jth component of the soft output vector' "® methods are SG and RLS adaptive version of the blind
z, M is a square permutation matrix with ones along tHghannel estimation algorithms described in (126) and intced
reverse diagonal and zeros elsewhere (simildviipin (18)), N [27]. The SG recursion requires On_@(Lgp) arithmetic
[]; denotes thejth column of the argument (a matrix), and®Perations to estimate the channel, agafnst;) of its SVD
B}”(z‘) = sgn[R(2]"(i))]. Note that additional stages can bé/e{Is'OPi For the RLS version, the SVD on tﬁgX,LP n;atr!x
included or the SPA-DF scheme can be used in the secdrid & (1)Cr, @s stated in (16) and that requiré¢L;,), is
stage, even though our studies indicate that the gains 3KPided and replaced by a single matrix-vector multipiaat
performance are marginal. Hence, the two-stage structurd §SUlting in the reduction of the corresponding computetio
adopted for the rest of this work. It should also be remark&@MPplexity on one order of mz_;\gmtude and no performance
that, due to the difficulty of theoretically analyzing paeal loss. For the CCM-RLS algorithms},, can be employed

arbitrated and iterative schemes, our analysis in Sectibn Stead ofR (used for the CMV) for channel estimation to
is mainly focused on computer simulation experiments. A/0id the estimation of botR andRy. The use oR, instead
theoretical analysis of iterative DF schemes constitutespen  ©F 't Shows no performance loss as verified in our studies and
topic which is beyond the scope of this paper. is explained in Appendix V.

V. ADAPTIVE ALGORITHMS B. Constrained Constant Modulus Stochastic Gradient (CCM-
In this section we describe stochastic gradient (SG) afp) Algorithm

recursive least squares (RLS) algorithms for the blind-esti An SG solution to (10) and (11) can be devised by using
mation of the channel, the feedforward and feedback sextiqRstantaneous estimates and taking the gradient terms with
of DF receivers using the CM and MV criteria along withyegpect tow, (i) andf,,(i) which should adaptively minimize
constrained optimization techniques, as illustrated ig. Bi. 7., with respect tow, (i) andf,(i). The recursions of [27]
The CMV-based algorithms are extensions for DF detectigfje ysed to obtain channel estimates. If we consider the set

of the techniques proposed by Xu and Tsatsanis in [15]. The constraintsCH wy, (i) = hx(i), we arrive at the update
CCM-SG recursions represent an extension of the work of [18ations for the estimation of (i) and £, (i):
S

for complex signals and DF receivers, whereas the CCM-RL R

algorithms are novel for both linear and DF structures. wi, (i+1) = Pr(wg (i) —pwer (i) 2 (0)r(i))+v Cr(CH Cr) ' hy ()
It should be emphasized that the SG solutions presented in (24)

_th|s section differ from thpse reported in a previous worg][2 £.(i + 1) = £.(1) — prer(i)z; (i)[)(i) (25)

in the sense that the blind channel estimation is decoupled R

from the feedforward and feedback recursions. Indeed, wderez (i) = w/ (i)r(i) — £7 (i)b(i), ex (i) = (|zx(i)]* — 1)

adopt the SG blind channel estimation reported[in [27] thand P, = I — C,(CH C;)~'C# is a matrix that projects

has been shown to outperform the one proposef in [15]. Qbe receiver’s parameters onto another hyperplane in doder

studies also reveal that when the system deals with higtsloahsure the constraints.

(K is large) and the performance is poorer, a decoupled SGt is worth noting that, for stability and to facilitate tung of

blind channel estimator, such as [27], is significantly legsarameters, it is useful to employ normalized step sizeswwhe

affected than the approach that optimizes, f;, andhy, as in operating in a changing environment. A normalized versibn o

[20] . In addition, the deployment of the SG blind estimatathis algorithm can be devised by substituting (24) and (B®) i



the CM cost function, differentiating the cost functionlwie- whereI', (i) is an estimate of C'R,'(i)C},) and~,(i) =
spect tou,, andy, setting it to zero and solving the new equa€¥r(i)zx(i). The RLS channel estimation procedure de-
tions, as detailed in Appendix Il. Hence, the normalized GCMcribed in [27] with T in lieu of ®; is employed for
SG algorithm proposed here adopts variable step size meobstimatinghy, saving computational resources and resulting
nisms described byi,, = poy, (126 @ =psl2k(Dler (D" (OB@H+1)  jn no performance loss for channel estimation. Finally, we

uof(Iz:c(i)l—uwIzk(i)\ek(lf)kr(i (Iie)kfgi)(l;;g))Pr(i) construct the DF-CCM receiver as described by:

and yi; = 22 (D) ex (VB ()5 () where o, !

zk(1)|er (i [ i . . NN . ~ N A -1,
and o, are the convergence factors fer, and f;, respec- wi(i) = Ry (i) [dk(l) + Tr()fk (i) — Ck T (i) %
tively.

(ckHR,;l(i)Tk(i)fk(¢)+ckHR,;1(i)dk(i)_u hk(i))} (33)
C. Constrained Minimum Variance Stochastic Gradient
(CMV-SG) Algorithm B() =T O TH (i) — )] (39)
An SG solution to (13) and (14) can be developed in an R )

analogous form to the previous section by taking the gradiethere d, (i) is estimated bydy(i + 1) = ady(i) + (1 —
terms with respect tov, (i) andf,(i). The recursions inl [27] @)z (i)r(i), Tr(i+1) = Ty (i) + (1 —a)br(i)r (i)|zx ()|
are used again to obtain channel estimates. The update r@ed vi(i + 1) = avi(i) + (1 — a)z;(i)b(i). In terms of
for the estimation of the parameters of the feedforward as@mputational complexity, the CCM-RLS algorithm requires
feedback sections of the DF receiver are: O(M?) (feedforward section) an@(k?) (feedback section)

. B . e Ho 17 . tosuppress MAI and ISI an@(L?) to estimate the channel,
Wi (i+1) = Py(wi (1) = po 2k (1)2(1)) + Cr (G Cr) ™ i) ggainsto(a13), 0(K#) andO(L3) required by (11), (12) and

~ (26) (16), respectively.

£ (i + 1) = £ (i) — pup 2 ()b (i) 27)

A normalized version of this algorithm can also be obtaine@_ Constrained Minimum Variance RLS (CMV-RLS) Algo-
by substituting (26) and (27) into the MV cost functionrithm

differentiating it with respect to:, and uy, setting it to

zero and solving the new equations, as described in A8 Similarly to the CCM-RLS, the expressions for the DF-

. oy, (1= B (D)B(0)) B MV receiver given in (14) and (15) are employed, and
pendix ”II; Henge,uw - rH (i)Pr(i) and py = the matricesR~1(i), B~%(i) and (CIR™!(i)Cy)~* are
““f(lgl;izgﬁifipr(l)) recursively estimated with the aid of the matrix inversion

lemma in order to reduce the computational complexity as
D. Constrained Constant Modulus RLS (CCM-RLS) Algo- diven by :
rithm , a TR0 — 1)r(d)

Given the expressions for the feedforward/() and feed- G(i) = 1+ a—er(i)f{—l(i —1)r() (35)
back (fi) sections in (11) and (12) of the blind DF receiver, R R
we need to estimatR; ' (i), I, ' (i) and (CIR;*(i)Cr)™* R7'())=a 'R7'(i—1)—a 'G@E)r" ()R '(i—1) (36)
recursively to reduce the computational complexity reegiiio

invert these matrices. Using the matrix inversion lemma afid a " 1B~1(i — 1)b(i)
Kalman RLS recursions [29] we have: Q) = " — (37)
L o 14+ a 1bH(i)B, (i — 1)b(4)
Gli) = o Ry (- D) 28) /-1y _ —lf-1(; 1O ARH (R -1 (s
; 1+ a=trH (i) 2, ()R, (i — 1)z} (i)r (i) B (i) =a" B (i-1)—a Q()b"(i)B™(i—1) (38)

R; (i) = "R (i—1)—a ' Gy(i)zr(@)r? ()R, (i — 1) where0 < o < 1 is the forgetting factor. The algorithm can
(29) be initialized with R~'(0) = 4I and B~'(0) = I where
and 0 is a positive constant. Ond&‘{(z’) is updated, we employ
1l Nk (ATl another recursion to estimat€’ R~!(i)Cj,)~* as described
Vi) = ol CDEObD (g0 by:
14+ a=1bH (i) 2, (1)1, " (i — 1)z} (¢)b(4)
I = a B - 1) - o V(@b ()T - 1) O ) = l

Ol (i—1) ©;' i~ 1)6i)el (e (i —1)
(31) Loa B22E 4 (1 - a)ey 05" 041
where0 < a < 1 is the forgetting factor. The algorithm can be o . 1/ ;
initialized with R;(0) :g(SI an% I, 1(0) = dI 8vhere5 isa Mhere®;(d) is an estimate ofCy'R(i)Cy) and 6y (i) =

k . - IR CHr(i). For estimating the channdl,, the RLS algorithm
scalar to ensure numerical stability. On&, (i) is updated, 'k '

we employ anather recursion to estima@fR,gl(i)Ck)‘l described in [217] is emplo'yed. Finally, we construct the DF-
) i CMV receiver as given by:
as described by:

DG TG D)y
Lo B8 (- o (O i)y

(e

Wi (i) = R1(3) [T(i)f‘k(z’) — CLO ()%

=i
—~
.
~
—
= |

—
—
)

I

—_
~—

T (i) A
(32) (CHR ()T () (1) — () )| (40)



fi.(i) = B71(3) {TH(z‘)vAvk(i)} (41) we makefy, (i) = 0 and u; = 0. Amongst the analyzed DF
R R R structures, we consider:
whereT(i + 1) = aT(i) + (1 — )by (i)r (i). It should be , S-DF: the successive DF detector of [8]} [9].
remarked that the approximation @), that isT ~ E[bb%], « P-DF: the parallel DF detector df [1L0], [11].
can be used when the error rate is low in order to avoid the, |SS-DF: the iterative system of Woodwaetkl. [11] with
matrix computations in (37) and (38). Otherwise, in the case S-DF in the first and second stages.
of moderate to high error rate, it is preferable to employ) (37 . ISP-DF: the iterative system of Woodwaetal. [11] with
and (38) in order to guarantee adequate performance of the S.DF in the first stage and P-DF in the second stage.
algorithm. « SPA-DF: the proposed successive parallel arbitrated re-
ceiver.
VI. SIMULATIONS « ISPAS-DF: the proposed iterative detector with the novel
SPA-DF in the first stage and the S-DF in the second
stage.
ISPAP-DF: the proposed iterative receiver with the SPA-

In this section, we evaluate the performance of the itegativ
arbitrated DF structures introduced in Section IV and the .
blind adapUye algorithms p_resented In fSecuon V. Due to the DF in the first stage and the P-DF in the second stage.
extreme difficulty of theoretically analyzing such schenve,

adopt a simulations approach and conduct several expeismen For the CCM baseo! algorithms, we employ = 1 in
in order to verify the effectiveness of the proposed tecfQrder to ensure convexity. The experiments are averaged ove

niques. In particular, we have carried out experiments unde) experiments and the parameters of the algorithms are
stationary and non-stationary Scenarios to assess CEneEg optimized for each scenario. We stress that the results are
performance in terms of the the bit error rate (BER) of thenown in Figs. 4 to 8 in terms of the average BER [1] and

proposed structure and algorithms and compared them V@ﬁerage BdElROamr? ngsthﬂK (;J_s_edrs iInBtEE sys]Eem, excep; for h
other recently reported algorithms and structures. Maggov Igs. I an » Where the individua performance of eac

BER performance of the receivers employing the analyzé'(‘:}er is shown.
techniques is assessed for different loads, channel patf)s (
and profiles, and fading rates. The DS-CDMA system employs BER Convergence Performance

Gold sequences of length’ = 31. In what follows, we assess the average BER convergence
Because we focus on uplink scenarios, users experimgatformance of the analyzed adaptive DF receiver techsique
different channels. All channels assume tiiat = 6 as an and algorithms. The BER convergence performance of the
upper bound. We use three-path channels with relative moWggcejvers is shown for SG and RLS algorithms, in Figs. 4
pr, given by0, —3 and—6 dB, where in each run and for eachyng 5, respectively. We consider a non-stationary scenario
user the second path delas) is given by a discrete uniform where the system starts with = 8 users and at time
random variable (r. v.) betwednrand4 chips and the third path ; — g0, 4 additional users enter the system, totallikig= 12
delay is taken from a discrete uniformr. v. betwaeand5—72  ysers, and the blind adaptive algorithms are subject to new
chips. It is also assumed here that the channels experiengggferers/users in the environment. For the sake of cempa
by different users are statistically independent and idely json, we also include the curves for supervised NLMS and
distributed. The sequence of channel coefficients for eaeh UR|S [29] adaptive algorithms, which are trained wih0
k(k=1,... K)is hu(i) = praar(i) ( =0,1,2, ...), symbols provided by a pilot channel (at= 1,...,200 and
whereay,(2), is a complex Gaussian random sequence o= gq1, ..., 1000) and then switch to decision-directed mode.
tained by passing complex white Gaussian noise throughs assumed that the system has an ideal power control and
a filter with approximate transfer functiory /1 — (f/f4)*> signals of the different users reach the base station wih th
wherec is a normalization constanty = v/ is the maximum ggme average?,/No. Note that given the performance of
Doppler shift,\ is the wavelength of the carrier frequency, angyrrent power control algorithms, ideal power control ig no
v is the speed of the mobile [30]. This procedure correspong§ from a realistic situation.
to the generation of independent sequences of correlatiéd unThe algorithms for DF receivers are initialized with a
power complex Gaussian random variabl&|¢; ,(i)]] = 1)  feedforward filterw equal to the signature sequence and a
with the path weighty,; normalized so tha[:f:]”1 p%yl = 1. feedback filterf; with zeros and they gradually adapt in order
The phase ambiguity derived from the blind channel estmnatito cancel the interference. Note that they do not lock to an
method in [27] is eliminated in our simulations by using thendesired user because of the blind channel estimation that
phase ofg(0) as a reference to remove the ambiguity and fallows the receiver to use the effective signature sequédree
fading channels we assume ideal phase tracking and expresslilts indicate that the CCM design criterion is superior t
the results in terms of the normalized Doppler frequefic) the CMV approach, for both SG and RLS algorithms. Another
(cycles/symbol). Alternatively, differential modulaticcan be conclusion from the curves in Figs. 4 and 5 is that CCM-
used to account for the phase rotations. based blind algorithms achieve a performance very close to
In the following experiments, it is indicated the type othe trained algorithms, leading to significant savings iectgal
adaptive algorithms used (SG or RLS), the design criteri@fficiency. Regarding the structures of the receivers, we no
(CCM or CMV) and the structure (linear (L) or decisiorthat DF receivers are significantly better than linear detsc
feedback (DF)). For linear receivers (L) and their alganith In fact, we attack the problem of the receivers presented in
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of RLS algorithms is invariant to such situatidn [29]. Hence

T T
—4— S-DF-NLMS

+ SDEcom’se for large systems or those that do not have good power control
< PDENLMS RLS recursions are the most appropriate.

T PopRecMv-sG Let us now consider the proposed SPA-DF and the com-
—owse bined iterative DF system, namely ISPAP-DF and ISPAS-DF.

Simulation experiments with RLS algorithms were conducted
to determine how many arbitrated branches should be used and
to account for the impact of additional branches upon perfor
mance. We designed the novel DF receivers with- 2,4, 8
parallel branches and compared their BER performance with
the existing I1ISS-DF and ISP-DF structures, as depicted in
Fig. 6. The results show that the novel SPA-DF, ISPAP-DF
and ISPAS-DF significantly outperform the 1ISS-DF and ISP-
DF structures, and their performances improve as the number

Average BER
Y
°,

I I I I I I I
0 200 400 600 800 1000 1200 1400 1600

O et of e sy of parallel branches increase. In this regard, we also @otic
that the gains of performance obtained through additional
Fig. 4. BER convergence performance of SG algorithms. branches decrease as additional branches are addedingesult

in marginal improvements for more thdn= 4 branches. For
this reason, we adopt = 4 for the remaining experiments

[15], [18] that operate well in lightly loaded systems, bt gbecause it presents a very attractive trad_e-off betwedioper
not perform well in moderate and heavily loaded situatitys, M@nce and complexity. Another conclusion from the curves
cancelling the interferers with the DF section. In partieuP- 1N Fig. 6 is that the proposed SPA-DF, ISPAP-DF and ISPAS-
DF schemes outperform S-DF in low BER situations, whereR¥™ receiver techniques obtain substantial gains in perioca
for moderate to higher BER levels S-DF systems are |eQ¥er existing iterative DF techniques, namely, the ISP-D& a
affected by error propagation. the 1SS-DF of [11].

() K=8 users, 1,T=0.0001 (b) K=8 users, {,T=0.0001
E,/N,=15 dB, {,T=0.0025
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o 200 200 500 200 1000 1200 Ta00 1600 Fig. 6. BER convergence performance of RLS algorithms wiénative
Number of received symbols receivers for different numbers of parallel branchest F,/No = 15 dB
in a slow fading environment (a) CCM (b) CMV (L=2 - dashed |ie4 -
Fig. 5. BER convergence performance of RLS algorithms. solid line and L=8 - dash-dotted line) .

Another important conclusion from our studies is that RLS
algorithms can deal with faster fading rates and effectivel
accommodate more users in the system at the cost OlB'aBER Performance versus £, /No, K and User Index
guadratic complexity, whereas SG techniques cannot défal wi In this part, the BER performance of the different receiver
large systems or very high load{{ N close to1). Because techniques is further investigated and the receivers gsce
the scenario in the experiments assumed ideal power cpntl00 symbols to obtain the curves. In particular, the average
the SG algorithms present a good convergence performaBdER performance of the receivers verstig/ Ny and number
although for scenarios without power control (near-fanait of users (K) is depicted in Figs. 7 and 8, whereas the indalidu
tions) the performance of these algorithms is subject to tB&ER performance versus the user indices is shown in Figs. 9
eigenvalue spread of the covariance matrix of the receivadd 10.
vector r(i). Specifically, when the eigenvalue spread of the A comparison of the CMV and the CCM design criteria with
covariance matrix of the received vectoefi) is large SG RLS algorithms is carried out in experiments whose resuéis a
algorithms perform poorly, whereas the rate of convergensBown in Figs. 7 and 8. The curves reveal that DF detectors
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Fig. 7. Performance of CMV-RLS algorithms in a dynamic eoriment in  Fig. 9. Performance of the receivers in a fading environmerterms of
terms of BER versus (alt, /No with K = 10 users and (b) number of usersindividual BER versus user index for (a) SG and (b) RLS atpans.
(K) at E, /Ny = 15 dB.

(@) K=12 users, {,T=0.0025 (b) K=12 users, f,T=0.0025

() K=10 users, f,T=0.0025 (b) E,JN,=15 dB, f,T=0.0025

Average BER
Average BER
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0~ ISPAP-DF-CCM-RLS Y SPaDECovRLS —- ISPAP-DF-CCM-RLS —- ISPAP-DF-CMV-RLS
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Fig. 10. Performance of the receivers in terms of individB&R versus

Fig. 8. Performance of CCM-RLS algorithms in a dynamic eswvinent in  USer index for (@) CCM-RLS and (b) CMV-RLS algorithms.
terms of BER versus (alt, /No with K = 10 users and (b) number of users
(K) at E/No = 15 dB.

users with higher indices benefit from the interference can-

cellation. The same non-uniform performance is verified for
are significantly superior to linear receivers and that tt  the proposed SPA-DF, the existing ISS-DF and the novel
RLS algorithm outperforms the CMV-RLS techniques in aliSpAS-DF. Conversely, the new ISPAP-DF, the existing P-DF
situations. With respect to the performance, the bestt®syind the existing ISP-DF provide uniform performance over
are obtained with the ISPAP-DF receiver structure, that c@fe users which is an important goal for the uplink of DS-
save up t02.5 dB for the same BER as compared to thepMA systems. In particular, the novel ISPAP-DF detector
iterative receivers of [11] (ISP-DF and ISS-DF). In compan  achieves the best performance of the analyzed structucks an

with linear receivers, the proposed ISPAP-DF system obtaify significantly superior to the ISP-DF and to the P-DF, that
savings of up t& dB for the BER performance. In general, theyffers from error propagation.

curves in Figs. 7 and 8 reveal that the novel iterative eatsitt
DF schemes, namely the SPA-DF, ISPAP-DF and ISPAS-DF,
can offer considerable gains as compared to existing DF and
linear receivers and support systems with higher loadsutir Blind adaptive SG and RLS type algorithms based on the
mitigation of the effects of error propagation. CMV and CCM performance criteria were developed for
The last two scenarios, shown in Figs. 9 and 10, considestimating the parameters of DF receivers in uplink scesari
the individual BER performance of the users. From the resultvith multipath. The CCM-based blind algorithms have shown
we observe that a disadvantage of S-DF relative to P-DFasperformance that is very close to that of trained algorithm
that it does not provide uniform performance over the useithout the need for pilot channels. A novel SPA-DF struetur
population. We also notice that for the S-DF receivers, usemas presented and combined with iterative techniques for
1 achieves the same performance of their linear receiverse with cascaded DF stages, resulting in new iterative DF
counterparts, and as the successive cancellation is pextbr schemes, the ISPAS-DF and the ISPAP-DF, that can offer

VII. CONCLUSIONS
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substantial gains in performance over existing linear ank,,(.) in the noiseless case. Because = Bw is a
DF detectors and mitigate more effectively the deleteriolisear function ofw then Jcj, (i) being a convex function
effects of error propagation. In particular, the proposs®dP- of @ implies that Joy (w) = Jou(Bw) is a convex
DF structure has achieved the best performance amongstfafiction of w. Since the extrema of the cost function can be
analyzed receivers and is able to provide uniform perfoaaanconsidered for smab? a slight perturbation of the noise-free

over the user population. case [16], the cost function is also convex for smaf
when 12| A ? |hfh;|? > 1/4. If we assume ideal channel
APPENDIX estimation [h{’h;| = 1) andv = 1, our result reduces to

In what foll | f the CCM hod and % 11> > 1/4, which is the same found iri [31]. For larger
n what follows, an analysis of the method and it alues of 02, we remark that the ternv can be adjusted

convergence) propertlgs is carried out f(l)r the linear receiv in order to make the cost functioficy, in (10) convex, as
case fi ), extending previous results on its Convex'nﬁomted out in [18].

for both complex and multipath signals. We believe that To derive a normalized step size for the algorithm in (24)

provides a good starting point (better than the CMV demg%d (25) let us drop the time index (i) for simplicity and erit
for performing the cancellation of the associated usershiy he constant modulus cost functida, = (jwir — £7b|? —
= Uwg k

feedforward section of the DF-CCM rece|ver 1)2 as a function of (24) and (25):

Let us express the cost functiolay, = E|(jwilr|? — 1)2} ) o
as Joy = (E[|zx]*] — 2E[|zx[2] + 1), drop the time index Jou = ([Pr(wi — pwrerzy) e — £'b — prep 2 b bt
(i) for simplicity, assume a stationary scenario and that H )y ) 2 2
k=1,...,K are statistically independent i.i.d complexdam (Cr(Cy Cr)™ ) r|" — 1) (44)
varlables with zero mean and unit varianég,andn are sta- If we substituteP;, = I — (C(CHC;)~*CH into the first
tistically independent. Let us also defixe= >", | AxbiSr,  term of (44) and us€w;, = h;, we can simplify (44) and
Cihy =55, Q= Exx"],P = Emm]|, R=Q+P +0?T obtain:
and alternatively express the received vectorfy = x(i) + B2 )2
n(i) + n(i), wheren(i) is the ISI. Considering useI as  Jom = (|2 — pwerzirPrr — prepz bl — (45)
the desired one we let; = w and defineu, = Aj s,C w,
u=A"SHw = [u;...ug]”, whereS = [§;...5x], A =
diag(Ay ... Ay) andb = [by...bk]T. Using the constraint o
CHw = vh, we have for the desired user the condition V.J,, = 2(|zr — pwerzer Prr — prerzpb™b|? — 1)x
up = (A187)w = AthCPw = vA*hh,. In the absence
of noise and neglecting ISI, the (usEr cost function can be —— |2 — pwerzrPrr — prerzbbl? =0 (46)
expressed agcy; (w) = E[(ufbbHu)2]—2E[(ubb u)]+ Hrw
1 =80, uku;;)Q - 42?21(%11;;)2 — 4% ugu; + From the above expression it is clear that this minimization
1= 8(D + Zk , upui)? — 4D? — 4Zk o(ugpui)? — 4D — leads to four possible solutions, namely:
4219 2(ukuk) + 1, whereD = uju] = 2|141| |hHh1|2 ) o 1 —/LfekBHB s (|Zk| _ 1) —uf|zk|ekBHB
To examine the convergence properties of the optimizatipr}, = i, ~ = o APy M = p ;
problem in (10), we proceed similarly t6 [16]. Under the CRTTERE |2k lexr Prr
constraintCH¥w = vhy, we have:

Next, if we take the gradient of-), with respect tou,, and
equal it to zero, we have:

wa _ (2l +1) — pslzilerb”b
w |Zk|€kI'HPkI'

K
_ 7 =\ —H -\2 2 *\2
Jem(w) = Jou (@) =8(D +u"u)” —4D" — 4Z<uwk> By computing the second derivative of (44) one can verify
o k=2 that it is always positive for the third and fourth solutions
—4D —4(u"u) +1 above, indicating the minimum point. It should be remarked

(42)  that the solution fon.s is analogous tq:, and leads to the

_ & & i (zkl+ 1) —ps |21 |exb™b
where @ = [us,...,ux]T = Bw, B = A’H§'H § — same relations. Hence, we chogsg = |zk|ekn{HPkr

[82...8x] and A’ = diag(As ... Ax). To evaluate the con- and introduce again the convergence factpss and pp,
vexity of JCM() We compute its HessiarH() using the rule SO that the algorithms can operate with adequate step sizes

(47)

H=_2_ a(JCM ) that yields: that are usually small to ensure good performance, and
2P
ou thus we haveu, = po, D -rrlzrlesb™b mnq ), —
H H 9 2 w [zk|exrHPkr f
H= 16(D—1/4)I+161_1 ul+16uu —16diag(|u2| |uK| )JLO (|ze|+1) = | 21 |err T P
(43) " 1o derive 5 hormalize

. , . oy To derive a normalized step size for the SG algorithm in
Specifically, H is positive definite ifa®Ha > 0 for all (26) and (27) let us let us drop again the time index (i) for

K—-1xK-1 :
nonzeroa € C™ [29]. The second, third and fourth gin sjicity and write the minimum variance cost functign-
terms of (46) yield the positive definite matrl‘bﬁ(ﬁﬁH + \whr — f]515|2 as:

. K 2 K 2 K 2 R DN
diag(}j—s [ul _ 2 k=2,kts [n] 2 k=a ki (U] ))1_ Juv = [Pr(wi — porz) e — £7b — ppa b b+
whereas the first term provides the condition
v?|A;2|hi'hy|> > 1/4 that ensures the convexity of +Cr(CHCy) thy)  e? (48)
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If we take the gradient of/y; with respect tou, and equal R multiplied by a scalar facton plus a noise-like ternN,

it to zero, we get:
Vdu, =2[Py(wy — ,uwer)Hr — f,ff) — uf;ka)HfH-
+Cr(CHCL) ') | x (=Pyra;)fr=0 (49)

If we substituteP;, = I — (C,(CHCy)~1C# into the first
term of (49) and us€;w; = h; we can eliminate the third

that
|

that for sufficientE}, /Ny has an insignificant contribution. In
addition, when the symbol estimates = w,?r are reliable,

is the cost function in (10) is small{y; << 1), then

|z1|> has small variations around unity for both linear and DF
detectors (note that, = wi'r — £{’b for the DF receivers),
yielding the approximation

term of (49) and obtain the solution: E[|z|?re?] = E[rr®] + E[(|22 — Drrf| = E[rrf] = R
L BHT L LDHT (53)
Ly = (1 — p1yb7b) = (1 - p1yb7b) (50) Therefore, we conclude that the channel estimation can be
xp(rHPyr) rHTI,r

performed onRy in lieu of R, since the properties of the

Note that we introduce again a convergence fagtQr so that matrix R. studied in [26], [27] hold forR .

the algorithm can operate with adequate step sizes that are
usually small to ensure good performance, and thus we have

Haw = [0, (1;#7;);13)' Next, we take the gradient ofy;, with 1]
respect tous and equal it to zero:
V., = 2|Pr(wy — pora)Tr — €75 — ppz b7 b+ 2
+CL(CHCL) ") x| x (=2 BPD)Hr=0 (51) [3
where it is noticed that the conditions are the same ag for "

Thus we proceed simiIarIy to obtain the step size which is

given bypy; = % Remark again that we a conver-
gence facton, is applied so that the algorithm can operate 5

with adequate step sizes that are usually small to ensuré goo

performance, and thus we emplpy = yo, w 6]
Here, we discuss the suitability of the matﬁ%qc that arises
from the CCM method, for use in channel estimation. From
the analysis in Appendix | for the linear receiver, we havel’]

for an ideal and asymptotic case that = (Ajsf)w; ~

0, for £k = K. Then, wilr ~ Ajhywis; + [8]
win and [wir]? ~ A}wils |2 + Aybi(wis))nflw; +
Arbi (sfwi)win + wHnnf w,. Therefore, we have for the 9]
de5|red user (i.e. usd:
R; = E[|wlr|*rr?)

o A2|w{fsl|2R + Aywil s Elbyn wyrrf ]+ [10]

Hyinn] + o2 Qwllw,

Asfw Eptwinre?] + Ejwnn
~ A wls PR + Alw{ile[blnlerrH] + E[|win|*nnfin]
+ Aystwi Epiwinrr?] + 02 (R — o*T)whwy

= (Aflwi'si1” + 0®)R + Afo? (wi's1)(wis{!)

[12]

+ Ao? (st wi)(siwq') + o [diag(lwi %, ..., Jwn[?)
+ Wlwfl] —o'wlwil [13]

2 2 2

ot |[(E8E L VR T ((wls )t
! A2 A2 A%( ! L [14]
ol wiEwi) + - ([ding(fur . ) s
+wiwl | — w{{wll) (16]
~aR+N [17]

(52)

[18]

whereR = Q + 0%, Q = E[xx] = Si | |Ax|?spst.
From (52), it can be seen th&; can be approximated by

] M. Abdulrahman, A. U.K. Sheikh and D. D. Falconer,
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