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Abstract

This paper proposes a low-complexity algorithm for blindigigation of data in OFDM-based wireless systems
with general constellation. The proposed algorithm is dbleecover data even when the channel changes on a
symbol-by-symbol basis, making it suitable for fast fadoigannels. The proposed algorithm does not require any

statistical information of the channel and thus does ndestifom latency normally associated with blind methods.
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We also demonstrate how to reduce the complexity of the altgoy which becomes especially low at high SNR.
Specifically, we show that in the high SNR regime, the numlb@perations is of the ordeP(LN), whereL is the
cyclic prefix length andV is the total number of subcarriers. Simulation results conthe favorable performance

of our algorithm.
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. INTRODUCTION

Modern wireless communication systems are expected to ameever increasing demand for high data rates. A
major hindrance for such high data rate systems is multifeding. Orthogonal frequency division multiplexing
(OFDM), owing to its robustness to multipath fading, hasrieorporated in many existing standards (e.g., IEEE
802.11, IEEE 802.16, DAB, DVB, HyperLAN, ADSL etc.) and is also a candidate fortdte wireless standards
(e.g., IEEES02.20). All current standards use pilot symbols to obtain chastegtie information (needed to perform
coherent data detection). This reduces the bandwidthedotaifor data transmission, e.g., the IEER.11n standard
usest subcarriers for pilots, that i51% of the available bandwidth, of thH& subcarriers available for transmission.
Blind equalization methods are advantageous as they dceqgatre regular training/pilots symbols, thus freeing up
valuable bandwidth.

Several works exist in literature on blind channel estioratand equalization. A brief classification of these
works based on a few commonly used constraints/assumpigogé/en in Table[ll (note that this list is not
exhaustive). Broadly speaking, the literature on blindneied estimation can be classified into maximume-likelihood
(ML) methods and non-ML methods.

The non-ML methods include approaches based on subspdugigees [1]{10], second-order statisti¢s [11],
[12], [13], Cholesky factorization_[14], iterative metho(L5], virtual carriers([16] real signal characteristids]
and linear precoding [12]/ [18]. Subspace-based methoHEB]1[7]-[L0] generally have lower complexity but
suffer from slow convergence as they require many OFDM syshm get an accurate estimate of the channel
autocorrelation matrix. Blind methods based on seconeé+osthtistics[[11],[[12],[[13] also require the channel to
be strictly stationary over several OFDM blocks. More oftean not, this condition is not fulfilled in wireless
scenarios (e.g., as in WLAN and fixed wireless application®thods based on Cholesky’s factorizationl[14] and
iterative techniques [15] suffer from high computationahplexity.

Several ML-based blind methods have been proposed intliverg20], [19], [21]-[35], [37]. Although they
incur a higher computational cost, their superior perfarogaand faster convergence is very attractive. These
characteristics make this class of algorithms suitabldofock fading scenarios with short channel coherence time.

Usually, suboptimal approximations are used to reducedhgpaitational complexity of ML-based methods. Though



TABLE |
LITERATURE CLASSIFICATION

| Constraint | Limited by | Not limited by |
[, 21, [3], (5], [6], [7], [3], [10],
Channel constant over [11], [22], [13], [14], [15], [16], [26], [37]
M symbols,M > 1 [17], [18], [20Q], |21], [24], [27], [28]
Uses pilots [, 5], [9], [LO], [d1],
to resolve [14], [15], [16], [18], [20], [36]
phase ambiguity [21], [28], [25], [26], [37]
[21, [381. [6], [e], [12], [13],
Constant modulus constellatign [15], [16], [20], [21], [A], [B], [i7], [a1], [24]
[24], [26], [27], [3€], [37] [17], [19], [28]

these methods reduce the complexity of the exhaustive Micketney still incur a significantly high computational
cost. Some methods like [21], [23], [24] are sensitive ttiafization parameters, while others work only for specific
constellations (see TaHdle I). A few ML-based algorithmswlthe channel to change on a symbol-by-symbol basis

(e.g., [26], [37]), however, these algorithms are only ableleal with constant modulus constellations.

To the best of our knowledge no blind algorithm in literatiseable to deal with channels that change from one
OFDM symbol to another when the data symbols are drawn frorereergl constellation. Contrast this with the
equalization algorithm presented in this paper. The keyfea of the blind equalization algorithm presented in

this paper are that it

1) works with an arbitrary constellation,
2) can deal with channels that change for one symbol to the nex

3) does not assume any statistical information about tharala

In addition, we propose a low-complexity implementationtisé algorithm by utilizing the special structure of

partial FFT matrices and prove that the complexity beconsged@ally low in the high SNR regime.

The paper is organized as follows. Sectioh Il describes yis¢emn model and Sectidn|lll describes the blind
equalization algorithm. Sectidn 1V presents an approxemméthod to reduce the computational complexity of the
algorithm, while Section V evaluates this complexity in thigh SNR regime. Sectidn VI presents the simulation

results and Sectidn VIl gives the concluding remarks.



A. Notation

We denote scalars with small-case letters,vectors with small-case boldface lettess, while the individual
entries of a vectoh are denoted by:(I). Upper case boldface letterX, represent matrices while calligraphic
notation, X, is reserved for vectors in the frequency domain. A hat ovearable indicates an estimate of the
variable, e.g.h is an estimate ok. (.)T and(.)" denote the transpose and Hermitian operations, while ttation
© stands for element-by-element multiplication. The diszieourier transform (DFT) matrix is denoted By and
defined asy, = e 7% (=DE=1 with k,1 = 1,2,--- , N (N is the number of subcarriers in the OFDM symbol),
while the invrse DFT (IDFT) is denoted a@". The notation||a||} represents the weighted norm defined as

lal% 2 a"Ba for some vectow and matrixB.

II. SYSTEM MODEL

Consider an OFDM system where all thé available subcarriers are modulated by data symbols chipgen
an arbitrary constellation. The frequency-domain OFDM kghY’, of size N x 1, undergoes an IDFT operation

to produce the time-domain symbml| i.e.
z=VNQX. 1)

The transmitter then appends a lendticyclic prefix (CP) tox and transmits it over the channel. The channel
h, of maximum lengthL + 1 < N, is assumed to be constant for the duration of a single OFDiMbsy, but
could change from one symbol to the next. The received signalconvolution of the transmitted signal with the
channel observed in additive white circularly symmetricu€san noisex ~ A/ (0, I). The CP converts the linear
convolution relationship to circular convolution, whidh,the frequency domain, reduces to an element-by-element

operation. Discarding the CP, the frequency-domain recesymbol is given by

V=\/pHOX+N, (2)



wherep is the signal to noise ratio (SNR) add, H, X N, are theN-point DFT’s ofy, h, =, and additive noise

n respectively, i.e.

h 1

H=Q : XI\/NQ%

1 1

Note thath is zero padded before taking if§-point DFT. Let A" consist of firstZ + 1 columns ofQ (i.e., A

consist of firstL + 1 rows of Q™), then
H=A"h and h=AH. )
This allows us to rewrite {2) as

Y = /pdiag X)A%h + N (5)

[Il. BLIND EQUALIZATION APPROACH

Consider the input/output equatidd (5), which in its eletanelement form reads

V(j) = vp X(j)ajh+ N(j) (6)

wherea; is the jth column of A. The problem of joint ML channel estimation and data detecfior OFDM

channels can be cast as the following minimization problem

= mi — /p diag(X)A"h|?

JmL W in [V — /p diag(X)A”R|
N

Jmin > Y6) = vp X(@alh

=1

7 N
= min {Zy(j) — VP X(HalR+ > Y() - ﬁX(j)a?V} @)
j=1

h,XeQN =
Jj=i+1



where )V denotes the set of all possiblé —dimensional signal vectors. Let us consider a partial datuence
X ;) up to the time index, i.e

Xo=[x(1) x2) - X0
and defineMy,,, as the corresponding cost function, i.e.

My, = min | V) — v/p diag(X ;) A hll, ®)

whereAg) consists of the first rows of AH.

In the following, we pursue an idea for blind equalizationsarigle-input multiple-output systems first inspired
by [19]. Let R be the optimal value for the objective functidg (7) (we shawwito determineR in Section IlI-B
further ahead). I1fMx, > R, then X(; can not be the first symbols of the ML solutiont™" to (7). To prove

this, letx"" and ﬁML denote the ML estimates and suppose that our estidi’%esatisfies
X =X ©)
i.e. the estimate’?(i) matches the first elements of the ML estimate. Then, we can write

= mi — /p diag(X)A"h|?
R h’glégNHy Vp diag(X)A"h||

N
. <, ML ~ ML . 5 . ML
= Ve - Vo diag(X ) )ARR P+ Y 1VG) - B XM Glaf R

J=i+1
~ ~ ML N ~ ~ ML
= |[¥o) — Vo diag(X ) AR 1P+ > 1VG) — e AN (Galh ), (10)
j=i+1
where the last equation follows froml (9). Now, clearly
. . ~ ML . . .
1Y) — v/p diag(X ;) Ay |1 > min[|¥ ) — /7 diag(X ;) Afj bl (11)
= || ¥ — Vo diag(X ;) Af R, (12)

Thus, for exampleX o) = [X(1), X(2)]T and X (n) = [X (1), , X (N)]



whereh is the argument that minimizes the RHS Bfl(11). Then

ML ~ ML
R = |[¥ — vp diag(X ) AR |2+ Z V@) = Ve X()alh P
j=i+1

My,,. (13)

So, fori'(i) to correspond to the firgtsymbols of the ML solutioni’l(\f)L, we should havé\/[)e(i) < R. Note that
the above represents a necessary condition only. Thﬁfseijfis such that\/ 2 < R, then this does not necessarily

mean that¥ ;, coincides withi’l(\f)L.

This suggests the following method for blind equalizatiéw.each subcarrier frequency make a guess of
the new value ofY (i) and use that along with previous estimated valg&s),..., X(i — 1) to constructﬁ((i).
Estimateh so as to minimizeZ\/[X(i) in (I3) and calculate the resulting minimum vaIuer/,,e(i). If the value of
M/% < R, then proceed t@ + 1. Otherwise, backtrack in some manner and change the guekg;joffor some
j <. A problem with this approach is that fer< L + 1, given any choice oﬂ?(z’), h can always be chosen by
least-squares to makMX(i) in (13) equal to zeQ) Then, we will need at leadi+ 1 pilots defying the blind nature

of our algorithm. Alternatively, our search tree should béeastL + 1 deep before we can obtain a nontrivial (i.e.

nonzero) value forMX(,).

An alternative strategy would be to finkd using weighted regularized least squares. Specificalstead of
minimizing the objective function/,,;;, in equation[(¥), we minimize the maximum a posteriori (MAR)jextive

function

Jyap = hr)?m {HhHR Y =P diag(X)AHh”2} (14)

where R, is the autocorrelation matrix di (in Section IV, we modify the blind algorithm to avoid the wefr

?Since A}, is full rank fori < L + 1, diag(X ;) A{}, is full rank too for each choice afiag(X ;)) and so we will always find some
h that will make the objective function ifi_ (I.3) zero (sinkehas L + 1 degrees of freedom).



channel statistics). Now the objective function[inl(14) éendecomposed as

Juap = min (Rl + D 1VG) - vP X)) R + Z Y() ~ Vb X(j)aj hl? (15)
’ j:

j=1+1

=Mzx,

Given an estimate ofc'(i_l), the cost function reads

Mg, =min {Hhuggl + Y1) — VP diag(ft’(i_l))Ag_l)hHZ} (16)

with the optimum value (seé [38], Chaptt?, pp.671)

. aH . s LA H
= VP Ry A i_yydiag(X ;_y))[I + p diag(X i_1)) A;_)Rn Ay diag(X ;1)) Vi) 17)

and corresponding minimum cost (MMSE error)
mmse= [R, " + PA(i—l)diag(;V(i—n)Hdiag(-’%(i—l))Ag_l)]_l (18)

If we have a guess ok'(i), we can update the cost function and obtaiy, . In fact, the cost function\/y, ' is
the same as that dW»e(.,l) with the additional observatiopr(i) and an additional regressat(i)all, i.e.

2

) y(i—1) diag(f\f(i_l))Aﬁ_l)
Mg, =min HhHZ;] + | —/p h (19)

We can thus, recursively update the vaMgr(_) based onMX(H) using recursive least squares (RLS)I[38], i.e.

My, =My +20D6) 5 X(D)alhi (20)

hi=h;_1+g, (y(i) — P X(i)a?ﬂz’—l) (21)



where

9; = VP (@)X Piia; (22)

1
i) = i 23
W = RO Pa @3)

P; = Pi1—py(i)|X(i)*Pi-1aal'P;, (24)
These recursions apply for alland are initialized by
M/’?(,U =0, P_1=Ry, and h_1=0

Now, let R be the optimal value for the regularized objective funciiorfl4). If the valueR can be estimated, we
can restrict the search of the blind MAP solutidhto the offsprings of those partial sequentﬁég) that satisfy

My, < R. This forms the basis for our exact blind algorithm describetbw.

A. Exact Blind Algorithm

In this subsection, we describe the algorithm used to findtA® solution of the system. The algorithm employs
the above set of iterations_(20{24) to update the value of the cost functiM)em which is then compared with
the optimal valueR. The input parameters for the algorithm are: the receivethisll outpufy, the initial search
radiusr, the modulation constellatigrﬂ and thel x NV index vector!.

The algorithm is described as follows (the algorithm is alescribed by the flowchart in Figuré 1)

1) (Initialize) Seti =1, I(i) = 1 and set¥ (i) = Q(I(i)).

2) (Compare with bound) Compute and store the metrM)e(i>. If M)em > r, go to 3; else, go to 4;

3) (Backtrack) Find the largest 1 <j <i such that

I(j) < |9|. If there exists such, seti = j and go to 5; else go to 6.
4) (Increment subcarrier) If i < N seti =i+ 1,1(i) = 1, X(i) = Q(I(i)) and go to 2; else store current

X (), updater = My, and goto 3.

*Examples of the modulation constellation &eare 4-QAM and 16-QAM. We use|(| to denote the constellation size afidk) for the
kth constellation point. For example, tQAM |Q| = 4 and Q(1),--- ,Q(4) are the four constellation points dfQAM. The indicator
I(7) refers to the last constellation point visited by our seaaftjorithm at theith subcarrier.
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5) (Increment constellatior) Set/(i) = I(i) + 1 and X (i) = Q(I(i)). Go to 2.

6) (End/Restart) If a full-length sequence?(N) has been found in Step 4, output it as the MAP solution and

terminate; otherwise, doubleand go to 1.

The essence of the algorithm is to eliminate any choice ofrthet that increments the objective function beyond
the radiusr. When such a case is confronted, the algorithm backtradkp §3hen Step) to the nearest subcarrier

whose alphabet has not been exhausted (the nearest sebegaliribe the current subcarrier if its alphabet set is

not exhausted).

The other dimension the algorithm works on is properly gzinif » is too small such that we are not able to
backtrack, the algorithm doubles(Step3 then Step6). If on the other hand is too large that we reach the last
subcarrier too fast, the algorithm reduceso the most recent value of the objective function.= My ) and

backtracks (Steg then Step3).

Input : }‘,w,!!
and 1 % Nvector I

Seti=1, Ii)=1
and set £(i)= n{rii))

I

Compute the metric 1y

Findthelargest 1 <j < i Yes
such that I(j) < ||
No P
i=i+1, I(i=1
. Rli)= 001

Storecurrent Ay

i=7 00 =1 +1
Ry =a0rd)

double

update r = -UR‘_,.,-_

Cutput the latest stored
full length sequence a5 ML
solution

Fig. 1. Flowchart of the blind algorithm.
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Remark 1: The backtracking algorithm depends heavily on calculatimg cost function usind_(20)-(24). In the
constant modulus case, the values,opf’(i)|2 in equations[(23) and (24) become constant (equal &) for all

i, and the values of (i) and P; become

1

L 25
(@) 14 pExallP;_ja; (23)

Pi = Pi—l —p (S’X’)/(Z')Pi_laia%—lpi—lv (26)

which are independent of the transmitted signal and thusbeacalculated offline.

Remark 2: The algorithm can also be used for a pilot-based standarthidncase, when the algorithm reaches a
pilot holding-subcarrier, no backtracking is performedtlas value of the data carrier is known perfectly. In the
presence of pilots, it is wise to execute the algorithms tivepilot-holding subcarriers first and subsequently move

to the data subcarriers. For equispaced comb-type pigsnif-orthogonality of regressors is still guaranteed.

Remark 3: Like all blind algorithms, we use one pilot bit to resolve ign ambiguity (see references in Talle I).

B. Determination of initial radius p, Ry, and r

Our algorithm depends op, R;, andr which we need to determine. The receiver can easily estimdig
measuring the additive noise variance at its side. As forctiennel covariance matriR,,, our simulations show
that with carrier reordering we can replaBg with identity with essentially no effect on performanceisSiThecomes
especially true in the high SNR regime. It remains to obtainirdtial guess of the search radius To this emd,

note that ifh and X are perfectly known (withh drawn fromN (0, R;) but is known) then
¢ = ||hlf + 1Y — Vp diag(X) AR (27)

is a chi-square random variable with= 2(N + L + 1) degrees of freedfﬂn Thus, the search radius should be

chosen such thaP(§ > r) < ¢, whereP(¢ > r) =1 — F(r; k), and whereF'(r; k) is the cumulative distribution

“The first term on the right hand side h&@. + 1) degrees of freedom dsis Gaussian distributed while the second term h&sdegrees
of freedom asy — /p diag(X)A"h is just Gaussian noise.
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function of the chi-square random variable given by

P k) = LRt 29)

Here,~(k/2, r/2) is the lower incomplete gamma function defined as
r/2
v(k/2, 7/2) = / /2=l o=t g, (29)
0

So, under this initial radius, we guarantee finding the MARtszn with probability at least —e¢. In case a solution
is not found, the algorithm doubles the valuerchnd starts over. This process continues until a solutioousd.

For example, wherV = 64, L = 15 ande = 0.01, the value of our radius should be set2®!.

IV. AN APPROXIMATE BLIND EQUALIZATION METHOD

There are two main sources that contribute to the complefityhe exact blind algorithm of Sectignllll:

1) Calculating P;: the second step of the blind algorithm requires updatingntietric MX(N)- This metric
depends heavily on operations involving tffe+ 1) x (L + 1) matrix P; which are the most computationally
expansive (see Tablég Il which estimates the computatioomiptexity of the RLS).

2) Backtracking: When the conditiod\@(i) < r is not satisfied, we need to backtrack and pursue anothechbran

of the search tree. This represents a major source of coityplex

In the following, we show how we can avoid calculatifty all together. We postpone the issue of backtracking to

Section V.

A. Avoiding P;

Note that in the RLS recursiors (2024), P, always appears multiplied hy;. Let's see how this changes if we
setP_; = I and assume that the;’s are orthogonal or, in particular, if we assume thdta; 1 = alla; ;2 = 0.

With these assumptions note that

1 1
14 p|XO0)PalP_jag 1+ p|X(0)2(L+1)

(0) (30)
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i.e.,v(0) is independent ofP_;. Also note that

Poay = P_ja; —p~(0)|X(0)*P_iapay P_1a,
= a1 —p~(0)|X(0)]aoay a;

= aj. (31)

For a similar reason
P0a2 = as. (32)
From [31), it is also easy to conclude that

1) = 1
Cl4p | X)L +1)

(33)

i.e.,v(1) is independent ofP,. Also, from [31) and[(32) it follows thaP;a;+1 = a;+1 and P;a; 12 = a;12. We

now investigate what happens 18, ;.

Pi1aiys = Piais—py(i+1)[X(i+1)*Piaii1al Piaiys
= a2 — py(i + DX+ D aiial @i

= aj2. (34)

Similarly,

Pijaiy3 = a3 (35)

So, by induction we see that each occurrencédad; in the recursion sef (20)-(23) can be replaced withThis

allows us to discard (24), i.e.,

My, = Mg +10)060) — b Z(i)alh ) (36)

A~

i = hii+g; (Y6) - VB R()alhisy)., (37)

>
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TABLE Il
ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS ALGORITHM

| Term | X | + | + |
VP X()alh;_4 2L + 2 L
V(i) — /P X(i)aj hi—1]? 1 1
p(4) 1 1
]\4?2(1?) 1 1
h; L+2 L+1 1
P,_ia; L?+2L+1 L>+ L
gi L+3
a?Pi_lai L+1 L
~(1) 3 1 1
allP; 4 L +2L+1 L+ L
pP; L?4+2L+2 | L?4+2L+1
Total per iteration | 3L? + 11L 417 | 2L* +5L +4 | 3 |
where
9; = Vpr(H)X()"a (38)
. 1
v(i) = (39)

L+ p [X(@)2(L+1)

Thus, the approximate blind RLS algorithm is effectivelynming at LMS complexity. Tabl€lll summarizes the

computational complexity incurred in the RLS calculation.

B. Avoiding P; with Carrier Reordering

The reduction in complexity above is based on two assumgtidhe first assumption is to sét ; = I (instead
of R;) and the second is to assume that the consecutiigeare orthogonal. Note that the;'s are columns of

A, i.e. they are partial FFT vectors. As such, strictly spegkthey are not orthogonal. Notice, however, that for
i,

L
ooy = Y0, @0
k=0

which after straightforward manipulation can be shown to be

L1, (i =)
alla;| = (41)

sin(mw(i—i") &L . .
L%rl sii(i(i—i/)]y)) , (@#7)

g
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This is a function of(i —i’) mod N. Thus, without loss of generality, we can get 1 and plot this autocorrelation

with respect toi. The autocorrelation decays with as shown in Figuré]2. We can use this observation in

Autocorrelation

70

Fig. 2. Autocorrelation vs for N = 64 and L = 15

implementing our blind RLS algorithm. Specifically, notatlthe whole OFDM data is available to us and so we can
visit the data subcarriers in any order we wish. The disomsabove shows that the data subcarriers should be visited
in the order ¢, i + A, i+ 2A,... whereA should be chosen as large as possible to makea; A, a;ion, ...

as orthogonal as possible, but small enough to avoid rings{or looping back to) a neighborhood too early. We
found the choiceA = LLH to be a good compromise. From Figlide 2, which plbtg (41)Noe 64 and L = 15,
columnsl,5,9,13,17,21,--- ,61 are orthogonal to each other and so are the colum6slo, 14,18, --- ,62. So,

if the vectors are visited in the following ordér5,9,13,17,21,--- ,61,2,6,10,14,18,--- ,62,---, then we have

a consecutive set of vectors that are orthogonal. The ordgmion is in going from columi61 to 2. These two
columns are not really orthogonal but are nearly orthogdthed correlation of columng and61 is zero, so the
correlation of 61 with 2 should be very small since the catieh function is continuous as shown in Figlie 2).
In general, we chosa = LLH and visit the columns in the ordér A,i +2A,--- ;i + LA, i=1,--- A —1.

Our simulation results show that the BER we get with exacotudation of P; and that obtained when we set

P_, = I with subcarrier reordering are almost the same. Table Wgithe computational complexity incurred in
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ESTIMATED COMPUTATIONAL COST PER ITERAT-II-('DA\I\IB(I;E 'll'lll-lERLS ALGORITHM WITH CARRIER REORDERING
| Term | x| + [+]
Vo X(@)allh;_y 2L + 2 L
V(i) — o X(Dalthi | 1 1
p (%) 1 1
My, 1 1
h; L+2 L+1 |1
~(1) 3 1 1
| Total per iteration |4L+13 [ 2L +4 ] 3|

the RLS calculation when subcarrier reordering is used, free from P; calculation).

Note that with subcarrier reordering, the new version of RS runs without the need to use the power delay

profile statistics, which relieves us from the need to prewiais information.

V. COMPUTATIONAL COMPLEXITY IN THE HIGH SNR REGIME

In the section, we study the other source of complexity (backing) and show that there is almost no
backtrackinQ in the high SNR regime. To this end, consider the behaviohefalgorithm when processing the
ith subcarrier. There an€)| different alphabet possibilities to choose from at thiscgwkier and a similar number
of possibilities at the preceding— 1 subcarriers, creating a total ¢®|* — 1 incorrect sequencei'(i) and one
correct sequencé'(i). The best case scenario is to have only one sequence th;itadﬂj(i) < r in which case
there would be only one node to visit. The worst case is hatongsit the remainindQ2|* — 1 wrong nodes before
reaching the true sequence (visiting of nodes will happeouth backtracking); this latter case is equivalent to the
exhaustive search scenario (i.e., all possible sequemisww)gm < r). Thus, if we letC; denote the expected

number of nodes visited at théh subcarrier, then from above we can write
Ci <1+ (1 —=1)P; (42)

5The term "backtracking” refers to the case when the algariik currently at subcarriei and it has to change the estimate of the
data symbol at some subcarrigr< i. On the other hand, sweeping the constellation points atastibr to find the first one that satisfies
Mx(i) < r is not considered backtracking.
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where P; is the maximum probability that an erroneous sequence obsymi'(i) # .ft'(i) has a cost less than

We will show that this probability becomes negligibly smallhigh SNR values. Recall that
Vi) = Vo diad X ;) Al b+ N (43)
where N ;) denotes the first symbols of V. Note the [4B) can be written as

h
N )

We first prove our claim for the least squares (LS) cost and #f®w how the MAP cost reduces to LS cost for

high SNR.

A. LS cost

Suppose we have an erroneous sequence of syrﬁb@)s;é .i‘(i). The LS estimate ok is found by minimizing

the objective function

Jus =, min {[V — Vo disg(¥ ) Af I} (45)

and the solution oh is (see[[38], Chapter2, pp. 664)

. SH - _ . ~H
h = [A)diag(X ;) )diag(X ;) A~ Vb Agydiag(X ;)Y ). (46)

The cost associated with the LS solution is given by (5e&, [B8hpterll, pp. 663)

_ _ -1 _
Mg, = V(1= vp diag(X ) Al (Vb A diag(X )"V diag(X ) AL ) VpAGdiag(X(})) Vg

H
My, = Y I_D>y(i) (47)
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where

—1
—dj X H ; Y 2 4H . H
So the probability that the sequenﬁ_qi) satisfiesM)g(i) < r reads

P, = Pr(Mg, <7)

P = Pr<yg)(l—D>y(i)§r> (49)

In the strict sense of the word, backtracking means visiBtgp3 in our algorithm. Substituting (44) i (49) yields

H
h h
N N
where
< H
VP Agpydiag(X ;) )
Ga = [ = DI | /p diag(X ;) Al I|- (51)

I

A~

Let B = diag(x(i))Ag), thenG ;) can be written as

pBYI-D/B BY[I-D|I
Gy = (52)
I[I-D)B I[I-D|I

which in compact form can be expressed as

pE  E;
G = . (53)

Ell E;

Using the Chernoff bound the right hand side [of] (50) can bentded in the following way

H
h h
P, <eME exp| —up G(z) . (54)
N N
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Noting that
h
N
with
Ry, O
i = ; (56)
0 I
we can solve the expression [n[54) as
H H
h h h h
/exp — G(z) exp| — E(z) dhd./\/‘(l)
N N N N
b= e~k p(L+i+1)
- H
h h
/exp — (E(i) + ,uG(i)) dth(i)
N N
- e—hr g (L+i+1)
2
h
/ exp| — dhdN ;)
N
_ X +uGw) (57)

et (L+i+1)

Note that the numerator ib_(b7) is a multi-variate complexi§€sgan integral. Recall that andimensional complex

Gaussian integral has the solution (se€ [19])

/exp(— HXH%/V) dx =

det(W)’ (58)

This allows us to simplify[(57) as
ur
P, < ‘ .
det(Z(i) + MG(Z-))

(59)

Next, we show that the probabilit®;, — 0 asp — oc. To show this, we just need to show that the largest eigeavalu

of the term in the denominator goes to infinity @as— oc.

Lemma 1: Let E = A diag(X;

))[I—D]diag(i’(i))Ag) be a(L+1) x (L +1) matrix, then for any sequence
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X(i), E has a positive maximum eigenvalug,.x and a corresponding unit-norm eigenvectoof size(L+1) x 1.

Proof: Recall that
: 1 H . 3-H g =y H -1 . ~H
and letF = diag(i‘(i))Ag), then we can write the above equation as
D =F (F'F)"' FY = FFt (61)

where Ff = (FHF)_1 F" is the Moore-Penrose pseudo—invgrme [41], Chapteb, pp. 422). Therefore,D is
an idempotent matrix with eigenvalues equal to either 1 [40] and hencell — D] is also a positive semi-definite

idempotent matrix. Note also that the mati#xin (53) can be written as

. s, H . 2
E = Agdiag(X ;) - D]dlag(X(i))Ag)

= BYI-DB (62)

and
28 Ez = z"'BY[I — D|Bz = (Bz)"[I — D|(Bz) >0 (63)

and soF is Hermitian and positive semi-definite.

LetU = [u; uz --- ury1] be a(L + 1) x (L + 1) unitary matrix whereu; is the ith eigenvector. then,

E = UAU" whereA is a diagonal matrix containing ordered eigenvaluegaguch that\; > Xy > --- > Ar41.

Sthe columns ofF" are linearly independent.
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Let z = U'v, then the maximum eigenvalue & is given as

max vVIiEv = max z''Az (64)
[lvll2=1 l|z[|.=1
L+1
= max Z)\i|zi|2 (65)
llzll=1 "=
L+1
< max A\ Z |22 (66)
llzll.=1 =
< /\1 — >\max (67)
The equality is attained whemw is the eigenvector ol .x. ]

Lemma 2: Given thatE has a positive maximum eigenvalug,,x with corresponding unit-norm vector of

size (L + 1) x 1, then the maximum eigenvalue Gf;, in (52) is lower bounded bvaG(Z-)w = p Amax Where

V(L

0;x1

Proof: From Lemmal, the largest eigenvalue df is A\.... It follows that the largest eigenvalue o¥ is

PAmax. Let N

max

be the largest eigenvalue & ;). From [53), we can see thatf is a principal sub-matrix of
G ;) (seel[41], ChapteT, pp. 494) and thus

)\/ > p)\max (69)

max

i.e., the largest eigenvalue of the principal sub-matidx is smaller than or equal to the largest eigenvalu&of

(see [41], ChapteT, pp. 551-552). ThuspAn.x is a lower bound on the largest eigenvalueGy; . [ |

Note thatX; is positive definite as it is a covariance matrix, hence it idglve positive eigenvalues. From Lemma

2, the maximum eigenvalue @ ;), M., — oo asp — oo. Thus the denominator i (59) grows to infinity in the

max
limit p — oo and

lim P, — 0 (70)

p—00
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From [(42) and[(70), we have

lim C; < 1+(|Q —1) lim P; (71)
pP—>0 p—r00
lim C; < 1 (72)

p—>00

B. MAP cost

The cost associated with the MAP solution of an erroneouseserg of symbolsfc’(i) + ft'(i) is given as (see

[38], Chapterl1, pp. 672)

_ _ -1
My, =Y (l + p diag(X ;) Al RhA(i)diag(Xg))> Y (73)
Mathematically,
P, = Pr(Mg, <)
_ _ —1
P = pr<yg) (l tp diag(X(,-))Ag)RhA(i)diag(Xg))> Vi < r>. (74)

By matrix inversion lemma

.= . 5H L\ L
(I +/p dlag(X(i))Ag-) RhA(i)dlag(X(i))>
. 5 H -1 . 3 H . S H -1 . 3 H
= l-p dlag(X(i))A(i) [Rh +p A(i)dlag(X(i))dlag(X(i))A(i)} A(i)dlag(X(i)) (75)
. S H 1 —1 . 3 H . S H -1 . 3 H
= | —diag(X ;) A [; R, "+ A(i)dlag(X(i))dlag(X(i))A(i)} Ay diag(X ;)
= 1-D (76)

where

ST 3 H 1 -1 . > H . 3 H -1 . > H
D = dlag(X(i))A(i) [; R, "+ A(i)dlag(X(i))dlag(X(i))A(i) A(i)dlag(X(i)) (77)
Thus [74) can be written as

P, = PF(J’E) (l - D) Vi < 7"> (78)
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TABLE IV
TOTAL COMPUTATIONAL COST OF THEML BLIND AND TRAINING BASED ALGORITHMS AT HIGH SNR

[ Algorithm | X | + |

Blind Algorithm | (3L2 + 11L + 17)N | (2L? + 5L + 4)N

Blind algorithm
with (4L + 13)N (2L+4)N
carrier reordering
Training based
algorithm [39] 4L% +17L 413 2L% + 6L +4

note that[(7B) is of the same form as|(49). The only differeincthe LS and MAP costs is the presence of the
term% R,:l in (Z4). Also note that this term depends on the inverse ofSN&. For low SNR, the inverse term in
(77) is always invertible due to the regularization term.idgh SNR, the effect of regularization fades and inverse
term in [77) is invertible. At high SNR, i.eg — oo, % R;l — 0 and D of (76) takes the same form as that of
LS cost leading to[(72).

Table[1V lists the estimated computational cost for our dlalgorithm in the high SNR regime. Since there is
no backtracking, the total number of iterationsNs which explains our calculations in Takle]lV. It thus follew
that the total number of operations needed for our algorithof the orderO(LN) in high SNR regime. The pilot
based approach for channel estimation needs to invefLanl) x (L + 1) matrix (assuming we neefl + 1 pilots
to estimate a channel of length+ 1) with a complexity of the orde©(L?). Since the cyclic prefix is a fixed
fraction of the OFDM symbol(L = N/m with m typically set tom = 4 or 8) we see that the complexity of the

two approaches become comparable in the high SNR regime.

V1. SIMULATION RESULTS

We consider an OFDM system witN = 16, or 64 subcarriers and a CP of lengih= %. The uncoded data
symbols are modulated using BPSKQAM, or 16-QAM. The constructed OFDM signal then passes through a
channel of lengthl + 1, which is assumed to be block fading (i.e., constant over ©R®M symbol but fades

independently from one symbol to another) and whose tapsif@n exponential decay profilé&(|a(t)|?] = e~ 2.
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A. Bench marking

We compare the performance of our algorithm against thewviatig receivers

1) the subspace-baﬂﬁldlind receiver of [[10],

2) the sphere decoding based receivel _of [28],

3) a receiver that acquires the channel through training Wit 1 pilots and a priori channel correlatiaRy,

[39],

4) the ML receiver that acquires data through exhaustivechea
The simulations are averaged ov#0 Monte-Carlo runs.

Figure[3 compares the BER performance of our algorithm witlh aforementioned algorithms for an OFDM
system with N = 16 subcarriers and BPSK data symbols. Note in particular tbatotind algorithm outperforms
both the subspace and sphere decoding algorithms and amnatehes the performance of the exhaustive search
algorithm for low and high SNR, which confirms the ML naturetio algorithm.

Figure[4, which considers theQAM case, shows the same trends observed for the BPSK cdsigukl[3.

= © = Subspace algorithm of [10]
10| = A = Sphere decoding [28]
+=Q@= Proposed blind algorithm
—&— Exhaustive search

—— Channel est. using L+1 pilots and corr.
—XF— Perfectly known channel

0 5 10 15 20 25 30
SNR(dB)

4

10

Fig. 3. BER vs SNR for BPSK OFDM over a Rayleigh channel with= 16 andL = 3

"The block fading assumption is maintained for all simulasioHowever, for the subspace blind receiver[of [10] to wahle, channel
needs to stay constant over a sequence of OFDM symbols. Bagpatticular receiver, the channel was kept fixed a3@OFDM symbols.
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BER

-3

10

= © = Subspace algorithm of [10]
101 = A = Sphere decoding [28]
+=0= Proposed blind algorithm
—@— Channel est. using L+1 pilots and corr.
=—p— Perfectly known channel

107

0 5 10 15 20 25 30 35 40
SNR(dB)

Fig. 4. BER vs SNR for4-QAM OFDM over a Rayleigh channel with = 16 andL = 3

Figure[% considers a more realistic OFDM symbol length £ 64), drawn from a4-QAM constellation and
allows the SNR to grow td5 dB. Our blind algorithm shows no error floor signs, which isuatcteristic of non-ML
methods. Furthermore, the algorithm beats the trainirspdhanethod and follows closely the performance of the
perfect channel case. Figure 6 shows the results Witk 64 subcarriers and6-QAM data symbols for SNR as

large ass0 dB. Again, the proposed blind algorithm does not reach aor diwor.

B. Low-Complexity Variations

In this subsection, we investigate the low-complexity &ats of our algorithm. Specifically, we consider the
performance of the blind algorithm with

1) P; settol,

2) P; set tol with subcarrier reordering
Figure[T exhibits the comparisons for the various algoriffor BPSK andN = 16. Note that withP; set toI
arbitrarily, the performance of the blind algorithm dedeaites and the BER reaches an error floor. Contrast this
with the algorithm variant that uses subcarrier reordedsgwell, and note that the performance of this variant

follows closely the performance of the exact blind algarithAlso note that the BER of both of these algorithms
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10
1~
10~
10°
x
L
m
107
10"
=8 Channel estimated using L+1 pilots and corr.
= © = Proposed Blind Equalization Algorithm
S| = Perfectly known channel
10
10 15 20 25 30 35 40 45

SNR(dB)

Fig. 5. BER vs SNR for4-QAM OFDM over a Rayleigh channel with = 64 and L = 15

BER

=—8— Channel Estimated using L+1 pilots and Corr.
= © = Proposed Blind Equalization Algorithm
—3g— Perfectly known Channel

5

30 35 40 45 50
SNR(dB)

107

Fig. 6. BER vs SNR for16-QAM OFDM over a Rayleigh channel witlv = 64 and L = 15

beats that of the sphere decoding algorithm of [28]. The smemels are observed in Figure 8, which considers the
4-QAM case.
Figure[9 compares the average runtime of various algorithsres function of the SNR. Note first that the extreme

cases are the training-based receiver and the exhaustivehseceiver, both of which are independent of the SNR.
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= © = Subspace algorithm of [10]
-3|| = A = Sphere decoding [28]
—@— Blind Algo. with P settol

=f— Blind Algo. with subcarrier reordering
=@= Proposed blind algorithm
—3— Perfectly known channel

-4

10

0 5 10 15 20 25 30
SNR(dB)

Fig. 7. Comparison of low-complexity algorithms for BPSK OFDM wiffi = 16 and L = 3

The runtime of the proposed algorithm decreases with the 8iRis sandwiched in-between the run time of the
sphere decoding algorithm and that of the subspace algoffith all values of the SNHZ Note that in the high
SNR regime our algorithm runs at the same speed as the sébajggrithm.

Figure[10 shows the average runtime of the proposed algontith N = 16 for various modulation schemes
(BPSK,4-QAM and 16-QAM). It is clear from the figure that the average runtimeréases considerably at higher

SNR values.

VIlI. CONCLUSION

In this paper, we have proposed a low-complexity blind athor that is able to deal with channels that change
on a symbol by symbol basis allowing it to deal with fast bldalling channels. The algorithm works for general
constellations and is able to recover the data from outpsewfations only. Simulation results demonstrate the
favorable performance of the algorithm for general cofatiehs and show that its performance matches the

performance of the exhaustive search for small valued of

8The runtime of the subspace algorithm is adjusted to acdmurihe fact that it requires the channel to be constant ovsioek of L + 1
OFDM symbols.
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10
10"
107
o
L
o
10
—@— Blind Algo. with Pi setto |
107} | =8 Blind Algo. with subcarrier reordering
=0= Proposed blind algorithm
—@— Channel est. using L+1 pilots and corr.
—p— Perfectly known channel
-5
10 Il Il Il Il Il Il Il
0 5 10 15 20 25 30 35 40
SNR(dB)

Fig. 8. Comparison of low-complexity algorithms fdrQAM OFDM with N = 16 andL = 3

10"
—o ¢——o— o—5 b
N —&@— Exhaustive search
\ = B = Sphere decoding [28]
10%k \\ = © = Proposed exact blind algo. | |
\ = € = Subspace algorithm of [10]
- h =Ry Training based
2 @ N
o ~
8 ~ N A .
2 10t O, o E
é S ~ n ~
g ‘e -~
= -
~ 3 ~ -
e = = - - - —r ———— = = = [
10 - - - F— $-—--8- - -
—V v W W v— *T
100 Il Il Il Il Il Il
0 5 10 15 20 25 30 35
SNR(dB)

Fig. 9. Average time comparison for BPSK data symbols with= 16 and L = 3

We have also proposed an approximate blind equalizatiomadetavoidingP; with subcarrier reordering) to
reduce the computational complexity. As evident from thauation results, this approximate method performs

quite close to the exact blind algorithm and can work prgpetithout a priori knowledge of the channel statistics.
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10 T T T T T T
—— 16 QAM
] —B— 4 QAM
10°} —e—BPSK |1

Time(milliseconds)

0 5 10 15 20 25 30 35
SNR(dB)

Fig. 10. Average Time Comparison for our Blind Algorithm for DiffeveModulation with N = 16 and L = 3

Finally, we study the complexity of our blind algorithm anlosv that it becomes especially low in the high SNR

regime.
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Abstract

This paper proposes a low-complexity algorithm for blindigigation of data in OFDM-based wireless systems
with general constellation. The proposed algorithm is dbleecover data even when the channel changes on a
symbol-by-symbol basis, making it suitable for fast fadoigannels. The proposed algorithm does not require any

statistical information of the channel and thus does ndestifom latency normally associated with blind methods.
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We also demonstrate how to reduce the complexity of the altgoy which becomes especially low at high SNR.
Specifically, we show that in the high SNR regime, the numlb@perations is of the ordeP(LN), whereL is the
cyclic prefix length andV is the total number of subcarriers. Simulation results conthe favorable performance

of our algorithm.

Index Terms

OFDM, channel estimation, maximume-likelihood detectiomaximum a posteriori detection and recursive least

squares.
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. INTRODUCTION

Modern wireless communication systems are expected to ameever increasing demand for high data rates. A
major hindrance for such high data rate systems is multifeding. Orthogonal frequency division multiplexing
(OFDM), owing to its robustness to multipath fading, hasrieorporated in many existing standards (e.g., IEEE
802.11, IEEE 802.16, DAB, DVB, HyperLAN, ADSL etc.) and is also a candidate fortdte wireless standards
(e.g., IEEES02.20). All current standards use pilot symbols to obtain chastegtie information (needed to perform
coherent data detection). This reduces the bandwidthedotaifor data transmission, e.g., the IEER.11n standard
usest subcarriers for pilots, that i51% of the available bandwidth, of thH& subcarriers available for transmission.
Blind equalization methods are advantageous as they dceqgatre regular training/pilots symbols, thus freeing up
valuable bandwidth.

Several works exist in literature on blind channel estioratand equalization. A brief classification of these
works based on a few commonly used constraints/assumpigogé/en in Table[ll (note that this list is not
exhaustive). Broadly speaking, the literature on blindneied estimation can be classified into maximume-likelihood
(ML) methods and non-ML methods.

The non-ML methods include approaches based on subspdugigees [1]{10], second-order statisti¢s [11],
[12], [13], Cholesky factorization_[14], iterative metho(L5], virtual carriers([16] real signal characteristids]
and linear precoding [12]/ [18]. Subspace-based methoHEB]1[7]-[L0] generally have lower complexity but
suffer from slow convergence as they require many OFDM syshm get an accurate estimate of the channel
autocorrelation matrix. Blind methods based on seconeé+osthtistics[[11],[[12],[[13] also require the channel to
be strictly stationary over several OFDM blocks. More oftean not, this condition is not fulfilled in wireless
scenarios (e.g., as in WLAN and fixed wireless application®thods based on Cholesky’s factorizationl[14] and
iterative techniques [15] suffer from high computationahplexity.

Several ML-based blind methods have been proposed intliverg20], [19], [21]-[35], [37]. Although they
incur a higher computational cost, their superior perfarogaand faster convergence is very attractive. These
characteristics make this class of algorithms suitabldofock fading scenarios with short channel coherence time.

Usually, suboptimal approximations are used to reducedhgpaitational complexity of ML-based methods. Though



TABLE |
LITERATURE CLASSIFICATION

| Constraint | Limited by | Not limited by |
[, 21, [3], (5], [6], [7], [3], [10],
Channel constant over [11], [22], [13], [14], [15], [16], [26], [37]
M symbols,M > 1 [17], [18], [20Q], |21], [24], [27], [28]
Uses pilots [, 5], [9], [LO], [d1],
to resolve [14], [15], [16], [18], [20], [36]
phase ambiguity [21], [28], [25], [26], [37]
[21, [381. [6], [e], [12], [13],
Constant modulus constellatign [15], [16], [20], [21], [A], [B], [i7], [a1], [24]
[24], [26], [27], [3€], [37] [17], [19], [28]

these methods reduce the complexity of the exhaustive Micketney still incur a significantly high computational
cost. Some methods like [21], [23], [24] are sensitive ttiafization parameters, while others work only for specific
constellations (see TaHdle I). A few ML-based algorithmswlthe channel to change on a symbol-by-symbol basis

(e.g., [26], [37]), however, these algorithms are only ableleal with constant modulus constellations.

To the best of our knowledge no blind algorithm in literatiseable to deal with channels that change from one
OFDM symbol to another when the data symbols are drawn frorereergl constellation. Contrast this with the
equalization algorithm presented in this paper. The keyfea of the blind equalization algorithm presented in

this paper are that it

1) works with an arbitrary constellation,
2) can deal with channels that change for one symbol to the nex

3) does not assume any statistical information about tharala

In addition, we propose a low-complexity implementationtisé algorithm by utilizing the special structure of

partial FFT matrices and prove that the complexity beconsged@ally low in the high SNR regime.

The paper is organized as follows. Sectioh Il describes yis¢emn model and Sectidn|lll describes the blind
equalization algorithm. Sectidn 1V presents an approxemméthod to reduce the computational complexity of the
algorithm, while Section V evaluates this complexity in thigh SNR regime. Sectidn VI presents the simulation

results and Sectidn VIl gives the concluding remarks.



A. Notation

We denote scalars with small-case letters,vectors with small-case boldface lettess, while the individual
entries of a vectoh are denoted by:(I). Upper case boldface letterX, represent matrices while calligraphic
notation, X, is reserved for vectors in the frequency domain. A hat ovearable indicates an estimate of the
variable, e.g.h is an estimate ok. (.)T and(.)" denote the transpose and Hermitian operations, while ttation
© stands for element-by-element multiplication. The diszieourier transform (DFT) matrix is denoted By and
defined asy, = e 7% (=DE=1 with k,1 = 1,2,--- , N (N is the number of subcarriers in the OFDM symbol),
while the invrse DFT (IDFT) is denoted a@". The notation||a||} represents the weighted norm defined as

lal% 2 a"Ba for some vectow and matrixB.

II. SYSTEM MODEL

Consider an OFDM system where all thé available subcarriers are modulated by data symbols chipgen
an arbitrary constellation. The frequency-domain OFDM kghY’, of size N x 1, undergoes an IDFT operation

to produce the time-domain symbml| i.e.
z=VNQX. 1)

The transmitter then appends a lendticyclic prefix (CP) tox and transmits it over the channel. The channel
h, of maximum lengthL + 1 < N, is assumed to be constant for the duration of a single OFDiMbsy, but
could change from one symbol to the next. The received signalconvolution of the transmitted signal with the
channel observed in additive white circularly symmetricu€san noisex ~ A/ (0, I). The CP converts the linear
convolution relationship to circular convolution, whidh,the frequency domain, reduces to an element-by-element

operation. Discarding the CP, the frequency-domain recesymbol is given by

V=\/pHOX+N, (2)



wherep is the signal to noise ratio (SNR) add, H, X N, are theN-point DFT’s ofy, h, =, and additive noise

n respectively, i.e.

h 1

H=Q : XI\/NQ%

1 1

Note thath is zero padded before taking if§-point DFT. Let A" consist of firstZ + 1 columns ofQ (i.e., A

consist of firstL + 1 rows of Q™), then
H=A"h and h=AH. )
This allows us to rewrite {2) as

Y = /pdiag X)A%h + N (5)

[Il. BLIND EQUALIZATION APPROACH

Consider the input/output equatidd (5), which in its eletanelement form reads

V(j) = vp X(j)ajh+ N(j) (6)

wherea; is the jth column of A. The problem of joint ML channel estimation and data detecfior OFDM

channels can be cast as the following minimization problem

= mi — /p diag(X)A"h|?

JmL W in [V — /p diag(X)A”R|
N

Jmin > Y6) = vp X(@alh

=1

7 N
= min {Zy(j) — VP X(HalR+ > Y() - ﬁX(j)a?V} @)
j=1

h,XeQN =
Jj=i+1



where )V denotes the set of all possiblé —dimensional signal vectors. Let us consider a partial datuence
X ;) up to the time index, i.e

Xo=[x(1) x2) - X0
and defineMy,,, as the corresponding cost function, i.e.

My, = min | V) — v/p diag(X ;) A hll, ®)

whereAg) consists of the first rows of AH.

In the following, we pursue an idea for blind equalizationsarigle-input multiple-output systems first inspired
by [19]. Let R be the optimal value for the objective functidg (7) (we shawwito determineR in Section IlI-B
further ahead). I1fMx, > R, then X(; can not be the first symbols of the ML solutiont™" to (7). To prove

this, letx"" and ﬁML denote the ML estimates and suppose that our estidi’%esatisfies
X =X ©)
i.e. the estimate’?(i) matches the first elements of the ML estimate. Then, we can write

= mi — /p diag(X)A"h|?
R h’glégNHy Vp diag(X)A"h||

N
. <, ML ~ ML . 5 . ML
= Ve - Vo diag(X ) )ARR P+ Y 1VG) - B XM Glaf R

J=i+1
~ ~ ML N ~ ~ ML
= |[¥o) — Vo diag(X ) AR 1P+ > 1VG) — e AN (Galh ), (10)
j=i+1
where the last equation follows froml (9). Now, clearly
. . ~ ML . . .
1Y) — v/p diag(X ;) Ay |1 > min[|¥ ) — /7 diag(X ;) Afj bl (11)
= || ¥ — Vo diag(X ;) Af R, (12)

Thus, for exampleX o) = [X(1), X(2)]T and X (n) = [X (1), , X (N)]



whereh is the argument that minimizes the RHS Bfl(11). Then

ML ~ ML
R = |[¥ — vp diag(X ) AR |2+ Z V@) = Ve X()alh P
j=i+1

My,,. (13)

So, fori'(i) to correspond to the firgtsymbols of the ML solutioni’l(\f)L, we should havé\/[)e(i) < R. Note that
the above represents a necessary condition only. Thﬁfseijfis such that\/ 2 < R, then this does not necessarily

mean that¥ ;, coincides withi’l(\f)L.

This suggests the following method for blind equalizatiéw.each subcarrier frequency make a guess of
the new value ofY (i) and use that along with previous estimated valg&s),..., X(i — 1) to constructﬁ((i).
Estimateh so as to minimizeZ\/[X(i) in (I3) and calculate the resulting minimum vaIuer/,,e(i). If the value of
M/% < R, then proceed t@ + 1. Otherwise, backtrack in some manner and change the guekg;joffor some
j <. A problem with this approach is that fer< L + 1, given any choice oﬂ?(z’), h can always be chosen by
least-squares to makMX(i) in (13) equal to zeQ) Then, we will need at leadi+ 1 pilots defying the blind nature

of our algorithm. Alternatively, our search tree should béeastL + 1 deep before we can obtain a nontrivial (i.e.

nonzero) value forMX(,).

An alternative strategy would be to finkd using weighted regularized least squares. Specificalstead of
minimizing the objective function/,,;;, in equation[(¥), we minimize the maximum a posteriori (MAR)jextive

function

Jyap = hr)?m {HhHR Y =P diag(X)AHh”2} (14)

where R, is the autocorrelation matrix di (in Section IV, we modify the blind algorithm to avoid the wefr

?Since A}, is full rank fori < L + 1, diag(X ;) A{}, is full rank too for each choice afiag(X ;)) and so we will always find some
h that will make the objective function ifi_ (I.3) zero (sinkehas L + 1 degrees of freedom).



channel statistics). Now the objective function[inl(14) éendecomposed as

Juap = min (Rl + D 1VG) - vP X)) R + Z Y() ~ Vb X(j)aj hl? (15)
’ j:

j=1+1

=Mzx,

Given an estimate ofc'(i_l), the cost function reads

Mg, =min {Hhuggl + Y1) — VP diag(ft’(i_l))Ag_l)hHZ} (16)

with the optimum value (seé [38], Chaptt?, pp.671)

. aH . s LA H
= VP Ry A i_yydiag(X ;_y))[I + p diag(X i_1)) A;_)Rn Ay diag(X ;1)) Vi) 17)

and corresponding minimum cost (MMSE error)
mmse= [R, " + PA(i—l)diag(;V(i—n)Hdiag(-’%(i—l))Ag_l)]_l (18)

If we have a guess ok'(i), we can update the cost function and obtaiy, . In fact, the cost function\/y, ' is
the same as that dW»e(.,l) with the additional observatiopr(i) and an additional regressat(i)all, i.e.

2

) y(i—1) diag(f\f(i_l))Aﬁ_l)
Mg, =min HhHZ;] + | —/p h (19)

We can thus, recursively update the vaMgr(_) based onMX(H) using recursive least squares (RLS)I[38], i.e.

My, =My +20D6) 5 X(D)alhi (20)

hi=h;_1+g, (y(i) — P X(i)a?ﬂz’—l) (21)



where

9; = VP (@)X Piia; (22)

1
i) = i 23
W = RO Pa @3)

P; = Pi1—py(i)|X(i)*Pi-1aal'P;, (24)
These recursions apply for alland are initialized by
M/’?(,U =0, P_1=Ry, and h_1=0

Now, let R be the optimal value for the regularized objective funciiorfl4). If the valueR can be estimated, we
can restrict the search of the blind MAP solutidhto the offsprings of those partial sequentﬁég) that satisfy

My, < R. This forms the basis for our exact blind algorithm describetbw.

A. Exact Blind Algorithm

In this subsection, we describe the algorithm used to findtA® solution of the system. The algorithm employs
the above set of iterations_(20{24) to update the value of the cost functiM)em which is then compared with
the optimal valueR. The input parameters for the algorithm are: the receivethisll outpufy, the initial search
radiusr, the modulation constellatigrﬂ and thel x NV index vector!.

The algorithm is described as follows (the algorithm is alescribed by the flowchart in Figuré 1)

1) (Initialize) Seti =1, I(i) = 1 and set¥ (i) = Q(I(i)).

2) (Compare with bound) Compute and store the metrM)e(i>. If M)em > r, go to 3; else, go to 4;

3) (Backtrack) Find the largest 1 <j <i such that

I(j) < |9|. If there exists such, seti = j and go to 5; else go to 6.
4) (Increment subcarrier) If i < N seti =i+ 1,1(i) = 1, X(i) = Q(I(i)) and go to 2; else store current

X (), updater = My, and goto 3.

*Examples of the modulation constellation &eare 4-QAM and 16-QAM. We use|(| to denote the constellation size afidk) for the
kth constellation point. For example, tQAM |Q| = 4 and Q(1),--- ,Q(4) are the four constellation points dfQAM. The indicator
I(7) refers to the last constellation point visited by our seaaftjorithm at theith subcarrier.
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5) (Increment constellatior) Set/(i) = I(i) + 1 and X (i) = Q(I(i)). Go to 2.

6) (End/Restart) If a full-length sequence?(N) has been found in Step 4, output it as the MAP solution and

terminate; otherwise, doubleand go to 1.

The essence of the algorithm is to eliminate any choice ofrthet that increments the objective function beyond
the radiusr. When such a case is confronted, the algorithm backtradkp §3hen Step) to the nearest subcarrier

whose alphabet has not been exhausted (the nearest sebegaliribe the current subcarrier if its alphabet set is

not exhausted).

The other dimension the algorithm works on is properly gzinif » is too small such that we are not able to
backtrack, the algorithm doubles(Step3 then Step6). If on the other hand is too large that we reach the last
subcarrier too fast, the algorithm reduceso the most recent value of the objective function.= My ) and

backtracks (Steg then Step3).

Input : }‘,w,!!
and 1 % Nvector I

Seti=1, Ii)=1
and set £(i)= n{rii))

I

Compute the metric 1y

Findthelargest 1 <j < i Yes
such that I(j) < ||
No P
i=i+1, I(i=1
. Rli)= 001

Storecurrent Ay

i=7 00 =1 +1
Ry =a0rd)

double

update r = -UR‘_,.,-_

Cutput the latest stored
full length sequence a5 ML
solution

Fig. 1. Flowchart of the blind algorithm.
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Remark 1: The backtracking algorithm depends heavily on calculatimg cost function usind_(20)-(24). In the
constant modulus case, the values,opf’(i)|2 in equations[(23) and (24) become constant (equal &) for all

i, and the values of (i) and P; become

1

L 25
(@) 14 pExallP;_ja; (23)

Pi = Pi—l —p (S’X’)/(Z')Pi_laia%—lpi—lv (26)

which are independent of the transmitted signal and thusbeacalculated offline.

Remark 2: The algorithm can also be used for a pilot-based standarthidncase, when the algorithm reaches a
pilot holding-subcarrier, no backtracking is performedtlas value of the data carrier is known perfectly. In the
presence of pilots, it is wise to execute the algorithms tivepilot-holding subcarriers first and subsequently move

to the data subcarriers. For equispaced comb-type pigsnif-orthogonality of regressors is still guaranteed.

Remark 3: Like all blind algorithms, we use one pilot bit to resolve ign ambiguity (see references in Talle I).

B. Determination of initial radius p, Ry, and r

Our algorithm depends op, R;, andr which we need to determine. The receiver can easily estimdig
measuring the additive noise variance at its side. As forctiennel covariance matriR,,, our simulations show
that with carrier reordering we can replaBg with identity with essentially no effect on performanceisSiThecomes
especially true in the high SNR regime. It remains to obtainirdtial guess of the search radius To this emd,

note that ifh and X are perfectly known (withh drawn fromN (0, R;) but is known) then
¢ = ||hlf + 1Y — Vp diag(X) AR (27)

is a chi-square random variable with= 2(N + L + 1) degrees of freedfﬂn Thus, the search radius should be

chosen such thaP(§ > r) < ¢, whereP(¢ > r) =1 — F(r; k), and whereF'(r; k) is the cumulative distribution

“The first term on the right hand side h&@. + 1) degrees of freedom dsis Gaussian distributed while the second term h&sdegrees
of freedom asy — /p diag(X)A"h is just Gaussian noise.
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function of the chi-square random variable given by

P k) = LRt 29)

Here,~(k/2, r/2) is the lower incomplete gamma function defined as
r/2
v(k/2, 7/2) = / /2=l o=t g, (29)
0

So, under this initial radius, we guarantee finding the MARtszn with probability at least —e¢. In case a solution
is not found, the algorithm doubles the valuerchnd starts over. This process continues until a solutioousd.

For example, wherV = 64, L = 15 ande = 0.01, the value of our radius should be set2®!.

IV. AN APPROXIMATE BLIND EQUALIZATION METHOD

There are two main sources that contribute to the complefityhe exact blind algorithm of Sectignllll:

1) Calculating P;: the second step of the blind algorithm requires updatingntietric MX(N)- This metric
depends heavily on operations involving tffe+ 1) x (L + 1) matrix P; which are the most computationally
expansive (see Tablég Il which estimates the computatioomiptexity of the RLS).

2) Backtracking: When the conditiod\@(i) < r is not satisfied, we need to backtrack and pursue anothechbran

of the search tree. This represents a major source of coityplex

In the following, we show how we can avoid calculatifty all together. We postpone the issue of backtracking to

Section V.

A. Avoiding P;

Note that in the RLS recursiors (2024), P, always appears multiplied hy;. Let's see how this changes if we
setP_; = I and assume that the;’s are orthogonal or, in particular, if we assume thdta; 1 = alla; ;2 = 0.

With these assumptions note that

1 1
14 p|XO0)PalP_jag 1+ p|X(0)2(L+1)

(0) (30)
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i.e.,v(0) is independent ofP_;. Also note that

Poay = P_ja; —p~(0)|X(0)*P_iapay P_1a,
= a1 —p~(0)|X(0)]aoay a;

= aj. (31)

For a similar reason
P0a2 = as. (32)
From [31), it is also easy to conclude that

1) = 1
Cl4p | X)L +1)

(33)

i.e.,v(1) is independent ofP,. Also, from [31) and[(32) it follows thaP;a;+1 = a;+1 and P;a; 12 = a;12. We

now investigate what happens 18, ;.

Pi1aiys = Piais—py(i+1)[X(i+1)*Piaii1al Piaiys
= a2 — py(i + DX+ D aiial @i

= aj2. (34)

Similarly,

Pijaiy3 = a3 (35)

So, by induction we see that each occurrencédad; in the recursion sef (20)-(23) can be replaced withThis

allows us to discard (24), i.e.,

My, = Mg +10)060) — b Z(i)alh ) (36)

A~

i = hii+g; (Y6) - VB R()alhisy)., (37)

>
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TABLE Il
ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS ALGORITHM

| Term | X | + | + |
VP X()alh;_4 2L + 2 L
V(i) — /P X(i)aj hi—1]? 1 1
p(4) 1 1
]\4?2(1?) 1 1
h; L+2 L+1 1
P,_ia; L?+2L+1 L>+ L
gi L+3
a?Pi_lai L+1 L
~(1) 3 1 1
allP; 4 L +2L+1 L+ L
pP; L?4+2L+2 | L?4+2L+1
Total per iteration | 3L? + 11L 417 | 2L* +5L +4 | 3 |
where
9; = Vpr(H)X()"a (38)
. 1
v(i) = (39)

L+ p [X(@)2(L+1)

Thus, the approximate blind RLS algorithm is effectivelynming at LMS complexity. Tabl€lll summarizes the

computational complexity incurred in the RLS calculation.

B. Avoiding P; with Carrier Reordering

The reduction in complexity above is based on two assumgtidhe first assumption is to sét ; = I (instead
of R;) and the second is to assume that the consecutiigeare orthogonal. Note that the;'s are columns of

A, i.e. they are partial FFT vectors. As such, strictly spegkthey are not orthogonal. Notice, however, that for
i,

L
ooy = Y0, @0
k=0

which after straightforward manipulation can be shown to be

L1, (i =)
alla;| = (41)

sin(mw(i—i") &L . .
L%rl sii(i(i—i/)]y)) , (@#7)

g
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This is a function of(i —i’) mod N. Thus, without loss of generality, we can get 1 and plot this autocorrelation

with respect toi. The autocorrelation decays with as shown in Figuré]2. We can use this observation in

Autocorrelation

70

Fig. 2. Autocorrelation vs for N = 64 and L = 15

implementing our blind RLS algorithm. Specifically, notatlthe whole OFDM data is available to us and so we can
visit the data subcarriers in any order we wish. The disomsabove shows that the data subcarriers should be visited
in the order ¢, i + A, i+ 2A,... whereA should be chosen as large as possible to makea; A, a;ion, ...

as orthogonal as possible, but small enough to avoid rings{or looping back to) a neighborhood too early. We
found the choiceA = LLH to be a good compromise. From Figlide 2, which plbtg (41)Noe 64 and L = 15,
columnsl,5,9,13,17,21,--- ,61 are orthogonal to each other and so are the colum6slo, 14,18, --- ,62. So,

if the vectors are visited in the following ordér5,9,13,17,21,--- ,61,2,6,10,14,18,--- ,62,---, then we have

a consecutive set of vectors that are orthogonal. The ordgmion is in going from columi61 to 2. These two
columns are not really orthogonal but are nearly orthogdthed correlation of columng and61 is zero, so the
correlation of 61 with 2 should be very small since the catieh function is continuous as shown in Figlie 2).
In general, we chosa = LLH and visit the columns in the ordér A,i +2A,--- ;i + LA, i=1,--- A —1.

Our simulation results show that the BER we get with exacotudation of P; and that obtained when we set

P_, = I with subcarrier reordering are almost the same. Table Wgithe computational complexity incurred in



16

TABLE 11l
ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS ALGORITHM WITH CARRIER REORDERING

| Term | x| + [+]
Vo X(@)allh;_y 2L + 2 L
V(@) — P X@alhi | 1 1
p (%) 1 1
]\{X(i) 1 1
h; L+2 L+1 |1
~(1) 3 1 1
| Total per iteration |4L+13 [ 2L +4 ] 3|

the RLS calculation when subcarrier reordering is used, free from P; calculation).

Note that with subcarrier reordering, the new version of RS runs without the need to use the power delay

profile statistics, which relieves us from the need to prewiais information.

V. COMPUTATIONAL COMPLEXITY IN THE HIGH SNR REGIME

In the section, we study the other source of complexity (backing) and show that there is almost no
backtracking in the high SNR regime. To this end, consider the behaviohefalgorithm when processing the
ith subcarrier. There an€)| different alphabet possibilities to choose from at thiscguwlier and a similar number
of possibilities at the preceding— 1 subcarriers, creating a total &®|° — 1 incorrect sequenceﬁ’(i) and one
correct sequencé'(i). The best case scenario is to have only one sequence th;itaeM/% < r in which case
there would be only one node to visit. The worst case is hatongsit the remainindQ2|* — 1 wrong nodes before
reaching the true sequence (visiting of nodes will happeoutifh backtracking); this latter case is equivalent to the
exhaustive search scenario. Thus, if wedgtdenote the expected number of nodes visited atittesubcarrier,
then from above we can write

Ci <1+ (Q - 1P (42)

5The term "backtracking” refers to the case when the algariik currently at subcarriei and it has to change the estimate of the
data symbol at some subcarrigr< 7. On the other hand, sweeping the constellation points atastibr to find the first one that satisfies
Mx(i) < r is not considered backtracking.
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where P; is the maximum probability that an erroneous sequence obsymi'(i) # .ft'(i) has a cost less than

We will show that this probability becomes negligibly smallhigh SNR values. Recall that
Vi) = vp diag X ;) AR + N ;) (43)

where ;) denotes the first symbols of V. Note the [4B) can be written as

h
N )

We first prove our claim for the LS cost and then show how the M&Bt reduces to LS cost for high SNR.

A. LS cost

The least squares cost is given by (se€ [38], Chaptepp. 663)

Mg, = V(1= vp diag(X () Al (V5 Aidiag(X)" /b diag(X)AT) ' /pAiding(X])) ¥
= Vi (' — p diag(X;) A} (p A,-]diag(fk’i)FA?)_l Aidiag(i'?)>3’(z)
= 3’5)(' - gD)ym
Mg, = Yi(1-D)¥g (45)
where
D = diag(X,) Al (A;|diag(X;)2AM) " Adiag(X]). (46)

So the probability that the sequenag;) satisfiesMX(i) < r reads

P, = Pr(My, <)

P = Pr<yg)(| ~D)¥ < r> (47)
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In the strict sense of the word, backtracking means visiBtep3 in our algorithm. Substitutind (44) i (47) yields

H
h h
P, =Pr G(i) <r (48)
N N
where
VB Adiag(X ;) )
G = [I = D] | /p diag(X ;) AN I|- (49)

I

Let B = diag(ft'(,-))A}{, thenG ;) can be written as

pBYI-D/B BY[I-D|I
G = (50)
I[I -D)B I[I-D|I

which in compact form can be expressed as

pE  E
G = . (51)

El' Ej

Using the Chernoff bound the right hand side [of] (48) can bended in the following way

H
h h
P, <e"FE exp| —up G(z) . (52)
N N
Noting that
h
~N(0,%;) (53)
N
with
R, O
3, = , (54)
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we can solve the expression [0 [52) as

H H
h h h h
/ exp| —u G exp| — >, dhdN ;)
N N N N
Pi S E_MTW(L+i+1)
r H
h h
/exp — (3 + pG i) dhd./\/(i)
N N
- o—nr (it 1)
2
h
/exp — dhd./\f(i)
Nolll s . ~
Xi+1G )

- o—nr (Lt D) : (55)

Note that the numerator if_(b5) is a multi-variate complexi§€sgan integral. Recall that arrdimensional complex

Gaussian integral has the solution (se€ [19])

/exp (— HXH%/V) dx = detjEW)' (56)

This allows us to simplify[(55) as
et

P < . 57
~ det(X; + ,LLG(i)) ®7)

Next, we show that the probabilit}, — 0 asp — oc. To show this, we just need to show that the largest eigeavalu
of the term in the denominator goes to infinity @as+ oc.

Lemma 1: Let E = A,diag(X} )[I — D]diag(X;)A" be a(L+1) x (L + 1) matrix, then for any sequenck;,
E has a positive maximum eigenvalug,.x and a corresponding unit-norm eigenvectoof size (L + 1) x 1.

Proof: Recall that
: 3 H . - HN 1. =y H -1 . ~H
D = diag(X;)A! (Aidlag(Xi )dlag(Xi)Ai> Adiag(x (58)
and letF = diag(X;)AY, then we can write the above equation as

D =F (F'F)"' F! = FFt (59)
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where F'f = (FHF)_1 F! is the Moore-Penrose pseudo-invgrme [41], ChapteB, pp. 422). Therefore,D is
an idempotent matrix with eigenvalues equal to either 1 [40] and hence|l — D] is also a positive semi-definite

idempotent matrix. Note also that the mati#xin (51) can be written as

E = Adiag(X])[I - D]diag(X;)A!

= BYI-DB (60)
and
2 Ez = z2"BY[I — D|Bz = (Bz)"'[I — D|(Bz) >0 (61)

and soF is Hermitian and positive semi-definite.
LetU = [u; uz --- ury1] be a(L + 1) x (L + 1) unitary matrix whereu; is the ith eigenvector. then,
E = UAU" whereA is a diagonal matrix containing ordered eigenvaluega$uch that\; > Xy > --- > Ar.1.

Let z = U'lv, then the maximum eigenvalue & is given as

”H|1|ax1 vilEv = ||H|1|ax1 zl Az (62)
L+1
= ||Ir|l|aX1 Z >\i|zi|2 (63)
22=0 o
L+1
< Hrrlllaxl A1 Z |22 (64)
2= =
< /\1 = >\max (65)
The equality is attained whewn is the eigenvector of\,.x. [ |

Lemma 2: Given thatE has a positive maximum eigenvalug,,, with corresponding unit-norm vector of

size (L + 1) x 1, then the maximum eigenvalue Gf;, in (&0) is lower bounded bvaG(Z-)w = p Amax Where

V(L

0551

Sthe columns ofF" are linearly independent.
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Proof: From Lemmal, the largest eigenvalue d¥ is A\,.x. It follows that the largest eigenvalue p# is

PAmax. Let X

max

be the largest eigenvalue 6F ;). From [51), we can see thatf is a principal sub-matrix of
G(; (see([41], ChapteT, pp.494) and thus

)‘inax 2 p)‘max (67)

i.e., the largest eigenvalue of the principal sub-matidX is smaller than or equal to the largest eigenvalu&f

(see [41], ChapteT, pp. 551-552). ThuspAn.x is @ lower bound on the largest eigenvalueGyf; . ]

Note thatX; is positive definite as it is a covariance matrix, hence it idlve positive eigenvalues. From Lemma
2, the maximum eigenvalue @ ;), A}, — oo asp — oo. Thus the denominator ifi (67) grows to infinity in the

limit p — oo and

lim P; — 0 (68)
pP—r00
From [42) and[(68), we have
lim C; < 1+(|Q —1) lim P; (69)
pP—00 pP—00
lim C; < 1 (70)
pP—00

B. MAP cost

The cost associated with the MAP solution of an erroneouseserg of symbolsfc’(i) + ft'(z-) is given as (see

[38], Chapterl1, pp. 672)
_ _ -1
Mg, = Vf (1 +p ding(¥) AR, Aidiag(X])) Y (72)
Mathematically,

P = Pr(Mg, <)

_ —1
j - Pr()zg)(l+pdiag(xi)A?RhAidiag(x?)) y(i)gr) (72)
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By matrix inversion lemma

. S H . SH\ L
(I +/p diag(X;) A;'Ry, A;diag(X; ))

_ _ _ -1 _
— 1 - pdiag(X;) Al [Rgl +p Aidiag(X?)diag(X,-)A?] Adiag(X) (73)

. 3 H 1 -1 . +HN 1. 3 H -1 . 3 H
— 1 — diag(X,) Al [; R, + Ading(X])diag(X:) Al Aidiag(X]) (74)
— 1-D (75)

where
_ _ _ -1 _
D = diag(X;,) A" [ 2 R+ Aidiag(X?)diag(X,-)A?] A;diag(X)) (76)
0

Thus [72) can be written as

P, = Pr()}{% (I — D) Yiy < 7"> (77)

note that[(77) is of the same form as(47). The only differeincthe LS and MAP costs is the presence of the
term% R;l in (Z6). Also note that this term depends on the inverse ofSR&. For low SNR, the inverse term in
(78) is always invertible due to the regularization term.igh SNR, the effect of regularization fades and inverse
term in [76) is invertible. At high SNR, i.eg — oo, % R;l — 0 and D of (7/8) takes the same form as that of

LS cost leading to[{70).

Table[IM lists the estimated computational cost for our dblagorithm in the high SNR regime. Since there is
no backtracking, the total number of iterationsNs which explains our calculations in TaklellV. It thus follew
that the total number of operations needed for our algorithof the orderO(LN) in high SNR regime. The pilot
based approach for channel estimation needs to invefLanl) x (L + 1) matrix (assuming we neefl + 1 pilots
to estimate a channel of length+ 1) with a complexity of the orde©(L?). Since the cyclic prefix is a fixed
fraction of the OFDM symbol[L = N/m with m typically set tom = 4 or 8) we see that the complexity of the

two approaches become comparable in the high SNR regime.
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TABLE IV
TOTAL COMPUTATIONAL COST OF THEML BLIND AND TRAINING BASED ALGORITHMS AT HIGH SNR

| Algorithm | X | + |
Blind Algorithm (3L2 + 11L +17)N | (2L? + 5L +4)N
Blind Alg. with Carrier Reordering (4L + 13)N (2L +4)N
Training Based Algorithm[[39] 402 +17L + 13 2L% + 6L + 4

VI. SIMULATION RESULTS

We consider an OFDM system witN = 16, or 64 subcarriers and a CP of length= % The uncoded data
symbols are modulated using BPSKQAM, or 16-QAM. The constructed OFDM signal then passes through a
channel of lengthl. 4+ 1, which is assumed to be block fading (i.e., constant over ©R®M symbol but fades

independently from one symbol to another) and whose tapsif@n exponential decay profild(|a(t)|?] = e~%2).

A. Bench marking

We compare the performance of our algorithm against thevatlg receivers

1) the subspace—ba&kilind receiver of [10],

2) the sphere decoding based receivel _of [28],

3) a receiver that acquires the channel through training Wit 1 pilots and a priori channel correlatiaRy,

[39],

4) the ML receiver that acquires data through exhaustivechea
The simulations are averaged ov#0) Monte-Carlo runs.

Figure[3 compares the BER performance of our algorithm whtlh aforementioned algorithms for an OFDM
system withN = 16 subcarriers and BPSK data symbols. Note in particular tbatotnd algorithm outperforms
both the subspace and sphere decoding algorithms and atnadshes the performance of the exhaustive search
algorithm for low and high SNR, which confirms the ML naturetiog algorithm.

Figure[4, which considers theQAM case, shows the same trends observed for the BPSK cdsigukl[3.

Figure[% considers a more realistic OFDM symbol length £ 64), drawn from a4-QAM constellation and

allows the SNR to grow td5 dB. Our blind algorithm shows no error floor signs, which isuctteristic of non-ML

"The block fading assumption is maintained for all simulasioHowever, for the subspace blind receiver[of [10] to wakle, channel
needs to stay constant over a sequence of OFDM symbols. Bagpdhticular receiver, the channel was kept fixed a3@OFDM symbols.



= © = Subspace algorithm of [10]
10| = A = Sphere decoding [28]

+ =O= Proposed blind algorithm
—&— Exhaustive search

—€— Channel est. using L+1 pilots and corr.
—XF— Perfectly known channel
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SNR(dB)

4
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Fig. 3. BER vs SNR for BPSK OFDM over a Rayleigh channel with= 16 andL = 3

BER

= © = Subspace algorithm of [10]
107|| = A = Sphere decoding [28]
+=Q= Proposed blind algorithm
—— Channel est. using L+1 pilots and corr.
—XF— Perfectly known channel

10° :
0 5 10 15 20 25 30 35 40
SNR(dB)

Fig. 4. BER vs SNR for4-QAM OFDM over a Rayleigh channel with = 16 and L = 3

methods. Furthermore, the algorithm beats the trainirspdhanethod and follows closely the performance of the

24

perfect channel case. Figure 6 shows the results Witk 64 subcarriers and6-QAM data symbols for SNR as

large ass0 dB. Again, the proposed blind algorithm does not reach aor diwor.
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10
1~
10~
10°
x
L
m
107
10"
=8— Channel estimated using L+1 pilots and corr.
= © = Proposed Blind Equalization Algorithm
S| = Perfectly known channel
10
10 15 20 25 30 35 40 45

SNR(dB)

Fig. 5. BER vs SNR for4-QAM OFDM over a Rayleigh channel with = 64 and L = 15

BER

=—8— Channel Estimated using L+1 pilots and Corr.
= © = Proposed Blind Equalization Algorithm
—3g— Perfectly known Channel

- ‘
30 35 40 45 50
SNR(dB)

10

Fig. 6. BER vs SNR for16-QAM OFDM over a Rayleigh channel withh = 64 and L = 15

B. Low-Complexity Variations

In this subsection, we investigate the low-complexity &ats of our algorithm. Specifically, we consider the

performance of the blind algorithm with
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1) P; settol,

2) P; set toI with subcarrier reordering
Figure[T exhibits the comparisons for the various algoritfor BPSK andN = 16. Note that withP; set to I
arbitrarily, the performance of the blind algorithm deteates and the BER reaches an error floor. Contrast this
with the algorithm variant that uses subcarrier reordedsgwell, and note that the performance of this variant
follows closely the performance of the exact blind algarithAlso note that the BER of both of these algorithms
beats that of the sphere decoding algorithm_of [28]. The smemels are observed in Figure 8, which considers the

4-QAM case.

= © = Subspace algorithm of [10]
3|| = A = Sphere decoding [28]
—@— Blind Algo. with Pi setto |
=—8— Blind Algo. with subcarrier reordering

=0~ Proposed blind algorithm
—xp— Perfectly known channel

0 5 10 15 20 25 30
SNR(dB)

Fig. 7. Comparison of low-complexity algorithms for BPSK OFDM wifti = 16 and L = 3

Figure[9 compares the average runtime of various algorites function of the SNR. Note first that the extreme
cases are the training-based receiver and the exhaustivehseceiver, both of which are independent of the SNR.
The runtime of the proposed algorithm decreases with the 8iRis sandwiched in-between the run time of the
sphere decoding algorithm and that of the subspace algoffiith all values of the S!\H( Note that in the high

SNR regime our algorithm runs at the same speed as the s@bajggrithm.

8The runtime of the subspace algorithm is adjusted to acdmurihe fact that it requires the channel to be constant ovsloek of L + 1
OFDM symbols.
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10
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107} | =8 Blind Algo. with subcarrier reordering
=0= Proposed blind algorithm
—@— Channel est. using L+1 pilots and corr.
—p— Perfectly known channel
-5
10 Il Il Il Il Il Il Il
0 5 10 15 20 25 30 35 40
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Fig. 8. Comparison of low-complexity algorithms fdrQAM OFDM with N = 16 andL = 3

Figure[10 shows the average runtime of the proposed algontith N = 16 for various modulation schemes
(BPSK,4-QAM and 16-QAM). It is clear from the figure that the average runtimeréases considerably at higher

SNR values.

—@— Exhaustive search
= H = Sphere decoding [28]

\

10* ‘ ‘ ‘ ‘ ‘ ‘
————————————b
\

103k \\ = © = Proposed exact blind algo. | |
\ = € = Subspace algorithm of [10]
& h —%— Training based
T 6
& ~ N
S S N
é’ 102 o b\ ~ i
< NN
~
~

E .

10

10%""0’"'0'"

n ~ ~
B - - Fooogos

"
~ + - v
0 5 10 15 20 25 30 35
SNR(dB)

Fig. 9. Average time comparison for BPSK data symbols wih= 16 and L = 3
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—— 16 QAM
—B— 4 QAM
10°} —e— BPSK

Time(milliseconds)

0 5 10 15 20 25 30 35
SNR(dB)

Fig. 10. Average Time Comparison for our Blind Algorithm for DiffeveModulation with N = 16 and L = 3

VIlI. CONCLUSION

In this paper, we have proposed a low-complexity blind athor that is able to deal with channels that change
on a symbol by symbol basis allowing it to deal with fast bldalling channels. The algorithm works for general
constellations and is able to recover the data from outpsewfations only. Simulation results demonstrate the
favorable performance of the algorithm for general cofetiehs and show that its performance matches the
performance of the exhaustive search for small valued of

We have also proposed an approximate blind equalizatiolmadetavoiding P; with subcarrier reordering) to
reduce the computational complexity. As evident from thawation results, this approximate method performs
quite close to the exact blind algorithm and can work prgpetthout a priori knowledge of the channel statistics.
Finally, we study the complexity of our blind algorithm anlosv that it becomes especially low in the high SNR

regime.
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Abstract—This paper proposes a low-complexity algorithm for
blind equalization of data in OFDM-based wireless systems ith
general constellation. The proposed algorithm is able to mover
data even when the channel changes on a symbol-by-symbol
basis, making it suitable for fast fading channels. The propsed
algorithm does not require any statistical information of the
channel and thus does not suffer from latency normally assaated
with blind methods. We also demonstrate how to reduce the
complexity of the algorithm, which becomes especially low ta
high SNR. Specifically, we show that in the high SNR regime,
number of operations is of the orderO(LN), where L is the cyclic
prefix length and N is the total number of subcarriers. Simulation
results confirm the favorable performance of our algorithm.

Index Terms—OFDM, channel
likelihood detection, maximum a posteriori
recursive least squares.

estimation, maximum-
detection and

I. INTRODUCTION

Modern wireless communication systems are expected

precoding [[12], [[1B]. Subspace-based methads [[1]-[5]; [7]
[10] generally have lower complexity but suffer from slow
convergence as they require many OFDM symbols to get an
accurate estimate of the channel autocorrelation mattindB
methods based on second-order statistics [11], [L2], [k3] a
require the channel to be strictly stationary over seveRDM
blocks. More often than not, this condition is not fulfilled
in wireless scenarios (e.g., as in WLAN and fixed wireless
applications). Methods based on Cholesky’s factorizafictj
and iterative techniques [15] suffer from high computagion
complexity.

Several ML-based blind methods have been proposed in lit-
erature[[20],[[19],[1211]{[35],[[3]7]. Although they incur agher
computational cost, their superior performance and faster
convergence is very attractive. These characteristicerntak
class of algorithms suitable for block fading scenarioshwit
short channel coherence time. Usually, suboptimal appraxi
tions are used to reduce the computational complexity of ML-

meet an ever increasing demand for high data rates. A maj@sed methods. Though these methods reduce the complexity
hindrance for such high data rate systems is multipath éadirof the exhaustive ML search, they still incur a significantly
Orthogonal frequency division multiplexing (OFDM), owinghigh computational cost. Some methods likel [21L].] [2B].| [24]

arXiv:1207.2546v1 [cs.IT] 11 Jul 2012

to its robustness to multipath fading, has been incorpdratere sensitive to initialization parameters, while othesrkv

in many existing standards (e.g., IEBB2.11, IEEE 802.16,

only for specific constellations (see Tabile I). A few ML-

DAB, DVB, HyperLAN, ADSL etc.) and is also a candidatebased algorithms allow the channel to change on a symbol-

for future wireless standards (e.g., IEBE2.20). All current
standards use pilot symbols to obtain channel state infioma

by-symbol basis (e.g.. [26]. [87]), however, these aldonis
are only able to deal with constant modulus constellations.

(needed to perform coherent data detection). This reducedo the best of our knowledge no blind algorithm in literature

the bandwidth available for data transmission, e.g., tHeHE
802.11n standard used subcarriers for pilots, that i5.1%
of the available bandwidth, of th& subcarriers available for
transmission. Blind equalization methods are advantagasu
they do not require regular training/pilots symbols, tmeging
up valuable bandwidth.

Several works exist in literature on blind channel estiorati

and equalization. A brief classification of these works base

on a few commonly used constraints/assumptions is given
Tablell (note that this list is not exhaustive). Broadly speg,
the literature on blind channel estimation can be classifitxl
maximume-likelihood (ML) methods and non-ML methods.

is able to deal with channels that change from one OFDM
symbol to another when the data symbols are drawn from
a general constellation. Contrast this with the equabrati
algorithm presented in this paper. The key features of timel bl
equalization algorithm presented in this paper are that it
1) works with an arbitrary constellation,
2) can deal with channels that change for one symbol to
the next,
in3) does not assume any statistical information about the
channel.
In addition, we propose a low-complexity implementation of
the algorithm by utilizing the special structure of partiiT

The non-ML methods include approaches based on subatrices and prove that the complexity becomes especiaily |

space techniques$|[1]-[10], second-order statisfics [[113],
[13], Cholesky factorization [14], iterative methods [15]r-
tual carriers [[16] real signal characteristi¢cs |[17] andedin

in the high SNR regime.
The paper is organized as follows. Sectidn Il describes the
system model and Sectidnllll describes the blind equatinati
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TABLE |
LITERATURE CLASSIFICATION

| Constraint | Limited by | Not limited by |
(1], [21, [8]. [&], [6], [¥], [9], [10],
Channel constant over [11], [22], [13], [24], [15], [1€], [26], 137]
M symbols,M > 1 [17], [18], [20], [21], [24], [27], [28]
Uses pilots [, [5], 8], [10], [11],
to resolve [14], [15], [16], [18], [20], [36]
phase ambiguity [211, [28], [25], [26], [37]
_ (2], [8], [6]. [], [12], [a3],
Constant modulus constellation [15], [186], [20], [21], [, B, [7], [L1], 14
[24], [26], [27], [36], [37] [17], [19], [28]

algorithm. Sectior_ IV presents an approximate method tespectively, i.e.
reduce the computational complexity of the algorithm, whil

1
Section V¥ evaluates this complexity in the high SNR regime. H=Q [ g ] , X = \/—_Qa:,
Section[V] presents the simulation results and Sedtion VII 1 iv
gives the concluding remarks. N=—Qn, and Yy = —Qy. 3
A. Notation Note thath is zero padded before taking ité-point DFT. Let

A" consist of firstL + 1 columns ofQ (i.e., A consist of

We denote scalars with small-case lettersvectors with first L+ 1 rows of Q"), then

small-case boldface letters, while the individual entries of a
vectorh are denoted by:.(). Upper case boldface letterX, H=A"n and h = AH. (4)
represent matrices while calligraphic notatidtj, is reserved
for vectors in the frequency domain. A hat over a variablP
indicates an estimate of the variable, ely.js an estimate Y = /pdiagX)A"n + N. (5)
of h. ()T and () denote the transpose and Hermitian
operations, while the notatian stands for element-by-element
multiplication. The discrete Fourier transform (DFT) niatr
is denoted byQ and defined ag; ;, = e~/ % (=D (—1) with
k,l = 1,2,--- N (N is the number of subcarriers in the
OFDM symbol), while the invrse DFT (IDFT) is denoted as V() =/p X(j)a;-{h—l—j\/(j) (6)

Q". The notatiorj|a||3 represents the weighted norm defined ] o
as||al2 A HBa for some vectom and matrix B wherea; is the jth column of A. The problem of joint ML
8= .

channel estimation and data detection for OFDM channels can
be cast as the following minimization problem

his allows us to rewrite[{2) as

IIl. BLIND EQUALIZATION APPROACH

Consider the input/output equatidd (5), which in its eletmen
by element form reads

Il. SYSTEM MODEL

Consider an OFDM system where all th¥ available Jur = h?é%NHy—\/ﬁdiag(X)AHhHZ
subcarriers are modulated by data symbols chosen from an " N
arbltrary constellation. The frequency-domam_OFDM syibo —  min Z V() — /5 X (i)alh|?
X, of size N x 1, undergoes an IDFT operation to produce h,XEQN
the time-domain symbat, i.e. ;
z=VNQuX. 1) = min 9> 1Y) = VP X()ajhl*+
; e

The transmitter then appends a lengthyclic prefix (CP) tar N

and transmits it over the channel. The charfnebf maximum . N Hy 2

lengthL+1 < N, is assumed to be constant for the duration of Z IYG) =P X(j)aj h| (7)
a single OFDM symbol, but could change from one symbol to =

the next. The received signal is a convolution of the trattsghi where QV denotes the set of all possibly —dimensional
signal with the channel observed in additive white cirdylar signal vectors. Let us consider a partial data sequetige
symmetric Gaussian noise~ N (0, I). The CP converts the up to the time index, i.e[l

linear convolution relationship to circular convolutiomhich, T
in the frequency domain, reduces to an element-by-element X = [X(1) X(2) - X()]

operation. Discarding the CP, the frequency-domain receivand defineM.y,,, as the corresponding cost function, i.e.

symbol is given by oo
My, ., = min N — diag(X ;) Ay k|7, 8
Y= GHOX N, @) Xy = i 1Yy — vp diag(X ;) A k|l (8)

wherep is the signal to noise ratio (SNR) ad, H, X N, Thus, for example X5, = [X(1),X(2)]T and X(n), =
are the N-point DFT’s of y, h, x, and additive noisen [x(1), -, X(N)|T 2 x.



WhereAg) consists of the first rows of A™. chosen by least-squares to mdk[e;.;(i) in (I3) equal to zefd

In the following, we pursue an idea for blind equalizatiofhen, we will need at least + 1 pilots defying the blind
of single-input multiple-output systems first inspired @@]. nature of our algorithm. Alternatively, our search treedto
Let R be the optimal value for the objective functidd (7) (wébe at least. + 1 deep before we can obtain a nontrivial (i.e.
show how to determing? in Section1lI-B further ahead). If nonzero) value fon’\/[)em.
Mx,, > R, then X;, can not be the first symbols of the  An alternative strategy would be to firfd using weighted
ML solution 2™ to (@). To prove this, letr™ and A" regularized least squares. Specifically, instead of miriimi
denote the ML estimates and suppose that our estinii’gg the objective function/,,, in equation[(¥V), we minimize the

satisfies maximum a posteriori (MAP) objective function

~ ~ ML

X = X @ Jaap = min {IR|Z -+ 1Y — /5 diag(X)A"R|*} (14)

h,XeQN h
i.e. the estimatefc’(i) matches the first elements of the ML where R;, is the autocorrelation matrix oh (in Section
estimate. Then, we can write [Vl we modify the blind algorithm to avoid the need for
channel statistics). Now the objective function inl(14) &mn
R = ?é?w |V — /p diag(X) A" h|? decomposed as

. AML ML
= Y@ — o diag(X ;) ) AR )P

N A
. 5 . » ML _ . 2 . o Hy |2
n ‘Zl V() — /P XML(j)a;{h 12 Jyap = h,glé?w ||hHR;1 + le V() — /p X(j)a; h|
J=it =
_ oA H ;ML o =M
= [[Yu —p dag(Xu)Anh | (i)
N N
: ML H ML _ _
+ 2 Y6 = v XM Gafh T, (10) + > Y6) - Ve X()aj'hl? (15)
j=it1 J=141
where the last equation follows froml (9). Now, clearly Given an estimate of((i,l), the cost function reads
. 4 ~ ML M, =
1Y) — Ve dlag(/\’(i))AE)h 12 Xi-1)
> min|[Ye — 7 diag(X ;) Afhh||*> (11) min {Ilhl\égl Y1) —Vp diag(Xu_l))AE-fl)hl\2}<16)
= | ¥ — p diag(X ;) Al k2, (12) with the optimum value (se€ [38], Chapti, pp. 671)
- H

whereh is the argument that minimizes the RHS[ofl(11). Thet = VP RuA-ndiag(X ;1))

N ~H
s - ML (T + p diag(X ;—1)) A{i 1 Ru A1) diag(X ;1)) V-1
R = |Yu —/pdiag(X)AGR | (17)
N
+ Z 1V3G) — P ge(j)aJHfLMLF and corresponding minimum cost (MMSE error)
.j:i+1 . . - 5 mmse= [R,:l—i—pA(Z,l)dlag(.j((Z,l))Hdlag(.jc'(z,l))Ag_l)]_l
Z mn 1Yy — o diag(X ;)) Agy k|l (18)
— My (13) If we have a guess ot'(i), we can update the cost function
(ON

and obtainMX(,). In fact, the cost functiorMX(,) is the same
So, for X ;) to correspond to the first symbols of the ML as that ofM  ~with the additional observatiop’(i) and
solution X?;L, we should havel; =~ < R. Note that the an additional regressot (i)a}’, i.e.

above represents a necessary condition only. T_hu%(jg is My = min {IIthrl—F

such thatMX(, < R, then this does not necessarily mean that @ h h ,

X ;) coincides Withi’l(\f)L. { Vi1 } — P diag(X (1)) A{i_1 n| Lag
This suggests the following method for blind equalization. V(i) X(i)a;!

At each subcarrier frequenéymake a guess of the new value ,
of X(i) and use that along with previous estimated valud¥e can thus, recursively update the vallig; ~based on

X(1),.., 2> — 1) to constructX ;). Estimateh so as to Mz, _, USiNg recursive least squares (RLS)I[38], ie.
minimize M ; in (I3) and calculate the resulting minimum ) . SN HE 12

(@) - — N — t .
value OfM)e(_). If the value ofM)e() < R, then proceed to X M?fu—n +y(OV) = Vp X(D)ai hi| (20)
i + 1. Otherwise, backtrack in some manner and change th@SinceAHi is full rank fori < L+1, diag(X(i))Ag) is full rank too for

guess oft'(j) for so_mej <@ A problerr) with this approach is gach choice ofliag(X (;)) and so we will always find somk that will make
that fori < L+ 1, given any choice ofY(i), h can always be the objective function in({13) zero (sinde hasL + 1 degrees of freedom).



hi=h;1+g, (y(i) N )?(i)a?ﬁi,l) (21) algorithm reduces to the most recent value of the objective
function. ¢ = Mx,,,) and backtracks (Step then Step3).

where
A Remark 1: The backtracking algorithm depends heavily on
g, = Vo)X P;_1a; (22) calculating the cost function using{20)-[24). In the canst
N 1 (23) modulus case, the values pfX'(i)|? in equations[(23) and
(@) = 1+ p|X(i)[2al'P;_1a; (24) become constant (equal pcfx) for all 7, and the values
P, = Pi1—py0)|X(i)’Piaall Piy (24) of 7(é) and P; become
. 1
These recursions apply for alland are initialized by V(i) = T4 p ExalP, 1a; (25)
My =0, Py=Ry, and h_; =0 P, = P, —p&xy(i)Pi_1a;al'P;_,, (26)

-1
Now, let R be the optimal value for the regularized objectivévhich are independent of the transmitted signal and thus can
function in [I3). If the valueR can be estimated, we can ree calculated offline.

strict the search of the bllrld MAP SOlUtioij to the Offsprings Remark 2: The a|gorithm can also be used for a pi|ot_based
of those partial sequence®;) that satisfyM y =~ < R. This standard. In this case, when the algorithm reaches a pilot
forms the basis for our exact blind algorithm described Wweloholding-subcarrier, no backtracking is performed as tHaeva

of the data carrier is known perfectly. In the presence dtgijl
A. Exact Blind Algorithm it is wise to execute the algorithms over the pilot-holding
bcarriers first and subsequently move to the data subcar-
rs. For equispaced comb-type pilots, (semi)-orthotigna
regressors is still guaranteed.

In this subsection, we describe the algorithm used to firffi
the MAP solution of the system. The algorithm employs th((;.-f
above set of iterationg (P0)24) to update the value of the cost
functionM ;  which is then compared with the optimal valugRemark 3: Like all blind algorithms, we use one pilot bit to
R. The input parameters for the algorithm are: the receivé@solve the sign ambiguity (see references in Table I).
channel outpufy, the initial search radius, the modulation

constellatiol Q2 and thel x N index vectorl. B. Determination of initial radius p, R;, and r
The algorithm is described as follows (the algorithm is also oy algorithm depends op, R;, andr which we need to
described by the flowchart in Figuie 1) determine. The receiver can easily estimatby measuring

1) (Initialize) Seti =1, I(i) = 1 and set¥ (i) = Q(I(i)). the additive noise variance at its side. As for the channel

2) (Compare with bound) Compute and store the metriccovariance matrix®®;,, our simulations show that with carrier
M;e“ f M)ei > r, go to 3; else, go to 4; reordering we can replacR;, with identity with essentially

3) (Bac'i<track) Find the largest 1 <j <i such that no effect on performance. This becomes especially truedn th
I(5) < |Q|. If there exists such), seti = j and go to high SNR regime. It remains to obtain an initial guess of the
5; else go to 6. search radius. To this emd, note that i and X" are perfectly

4) (Increment subcarrier) If i < N seti =i+1,1(:) =1, known (with A drawn fromA/(0, Ry,) but is known) then

X(i) = Q(I(i)) and go to 2; else store curreAt y, .
up(d)ater _(J\(/Izé)uv) and go to 3. " &= |Ihll; oIy =V diag(%) A"AI (27)
5) (Increment constellatior) Set /(i) = I(i) + 1 and s a chi-square random variable with= 2(N + L+1) degrees
X (1) = Q(I(1)). Go to 2. of freedofl. Thus, the search radius should be chosen such

6) (End/R.estart) If afuII—Ienth sequencé((N) has_ been that P(¢ > r) < ¢, whereP(¢ > r) = 1 — F(r; k), and
found in Step 4, output it as the MAP solution angvhere F(r; k) is the cumulative distribution function of the

terminate; otherwise, doubleand go to 1. chi-square random variable given by
The essence of the algorithm is to eliminate any choice y(k/2, 7/2)
of the input that increments the objective function beyond F(r; k) = T’/z), (28)

the radiusr. When such a case is confronted, the algorithm
backtracks (Step then Stef®) to the nearest subcarrier whosédlere, y(k/2, r/2) is the lower incomplete gamma function
alphabet has not been exhausted (the nearest subcartier §@fined as
be the current subcarrier if its alphabet set is not exhdjste /2 k/2—1 —t

The other dimension the algorithm works on is properly V(k/2,7/2) :/ t e "dt. (29)
sizingr; if r is too small such that we are not able to backtrack N e -
the algorithm doubles (Step3 then Step6). If on the other So, gnder_thls |n|t|all _radlus, we guarantee finding the MAP
handr is too large that we reach the last subcarrier too fast, tﬁglu'uon with probap|llty at least —e. In case a solution is

not found, the algorithm doubles the valuercdnd starts over.

3Examples of the modulation constellation afe are 4-QAM and 16-  1NiS process continues until a solution is found. For exampl
QAM. We use|Q2| to denote the constellation size afit(k) for the kth
constellation point. For example, itQAM || = 4 and (1), --- ,Q(4) 4The first term on the right hand side h2@l + 1) degrees of freedom as
are the four constellation points dfQAM. The indicator(s) refers to the h is Gaussian distributed while the second term 2asdegrees of freedom
last constellation point visited by our search algorithnihetith subcarrier. asy — ,/p diag(X)AHh is just Gaussian noise.



Input : }‘,w,n
and 1 % Nvector I

Seti=1, Ii)=1
and set £(i)= n{rii))

I

Compute the metric 1y

Findthelargest 1 <j < i Yes
such that I(j) < ||
N -
2 i=i+1, I(i=1
. Rli)= 001

Storecurrent Ay

i=7 00 =1 +1
Ry =a0rd)

double

update r = _L'Rn_

L

Cutput the latest stored
full length sequence a5 ML
solution

Fig. 1. Flowchart of the blind algorithm.

whenN = 64, L = 15 ande = 0.01, the value of our radius particular, if we assume thatlla;,;1 = afla;; > = 0. With

should be set t@04. these assumptions note that
o) — 1 B 1
IV. AN APPROXIMATE BLIND EQUALIZATION METHOD 7(0) = 1+p|X(0)]2alP_1ag 14 |X(0))2(L + 1%
There are two main sources that contribute to the complexity . (30)
of the exact blind algorithm of Sectigallll: 8., 7(0) is independent of>_;. Also note that
1) Calculating P;: the second step of the blind algorithm Poa; = P_i1a; — p 4(0)|X(0)*P_1apal'P_,a,
requi.res updating _the n?etrM)? N This metric depends = a; — p~(0)|X(0)avalla;
heavily on operations involving thel + 1) x (L + 1) = a. (31)

matrix P; which are the most computationally expansive
(see Tablé]l which estimates the computational confror a similar reason
plexity of the RLS).

2) Backtracking: When the conditionMX(i < r is not o
satisfied, we need to backtrack and pursue anotfgiom [31), it is also easy to conclude that
branch of the search tree. This represents a major source 1

. 1) = =
of complexity. () 1+p|X(D)2(L+1)

In the following, we show how we can avoid calculatifty . - o
' . . i.e.,v(1) is independent ofP,. Also, from [31) and[(32) it
all together. We postpone the issue of backtracking to S'ecufollows that Pyaisi = aivi and Pyasys — asys. We Now

Poag = as. (32)

(33)

v investigate what happens 8, ;.
A. Avoiding P; P”l;i” . 2 p " op
- - iQiy2 — + 1)|X (@ + 1)|"Pia; a0, Pia;
Note that in the RLS recursion§ (2024), P, always Git2 p.'y(z+ A)|. (z+2)| ?{“az“ Git2
appears multiplied byr;. Let's see how this changes if we = @it2—p (i + DX+ D)[Fait1a5qait2

set P_, = I and assume that the;’s are orthogonal or, in = @12 (34)



ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS

TABLE Il

ALGORITHM
| Term | X + = |
VP X(@)allh;_4 2L +2 L
V(@) = vp X(Dafhii|? 1 1 i
p () 1 1 < |
M 1 1 £
X °
h; L+2 L+1 1 g il
Pi,lai L2+2L+1 L2+L % i
g L+3 <
allP;_ja; L+1 L 1
y(4) 3 1 1
allP; 4 L? +2L+1 L2+ L ]
5 L? 4+ 2L +2 L2 4+ 2L +1 i
| Total per iteration [ 3L2+11L +17 | 2L? +50+4 | 3]
70
i
Similarly, A i for N — 64 and L
Fig. 2. Autocorrelation vsi for N = 64 and L = 15
Piiiaii3 =a;s. (35) "9

So, by induction we see that each occurrencdodi; in the
recursion set[(20)J-(23) can be replaced with This allows
us to discard[(24), i.e.,

TABLE Il

ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS
ALGORITHM WITH CARRIER REORDERING

Mg = Mg +5@)Y6E) - /p X(i)a; hi_1|{36) | Term [ x [ + [=]
® e . R VP X(i)aihi_ 2L +2 L
h; = h,_1+g; (y(z') —/p X(z‘)a?hi,l) , (387) V(i) — /p X(i)ath;_1|? 1 1
p (%) 1 1
where Mg 1 1
N h; L+2 L+1 |1
9; = Vpr(HX(i)a; (38) 7(3) 3 1 1
. 1 Total per iteration AL+13 | 2L +4 | 3
(@) = (39) | P | | [3]

1+p|X@)(L+1)

Thus, the approximate blind RLS algorithm is eﬁECtive%hereA should be chosen as large as possible to make
running at LMS complexity. Tablg]ll summarizes the com- a a as orthogonal as possible, but small
i+A i+2A, - - )

. . . . . aia
putational complexity incurred in the RLS calculation. enough to avoid revisiting (or looping back to) a neighbaho

o . . . too early. We found the choic&\ = LLH to be a good
B. Avoiding P; with Carrier Reordering compromise. From Figurgl 2, which plofs141) fof = 64

The reduction in complexity above is based on two assum@Ad L = 15, columnsl, 5,9,13,17,21,--- ,61 are orthogonal
tions. The first assumption is to sé&®_; = I (instead of to each other and so are the colun;$, 10,14,18,---,62.
R;,) and the second is to assume that the consecutigeare So, if the vectors are visited in the following order
orthogonal. Note that the,’s are columns of4, i.e. they are 1,5,9,13,17,21,---,61,2,6,10,14,18,---,62,---, then we
partial FFT vectors. As such, strictly speaking, they aré nbave a consecutive set of vectors that are orthogonal. The
orthogonal. Notice, however, that for ¢/, only exception is in going from columfl to 2. These two
columns are not really orthogonal but are nearly orthogonal
(the correlation of columns and61 is zero, so the correlation
of 61 with 2 should be very small since the correlation
which after straightforward manipulation can be shown to k{gg CBEQS;SACOEtInlJJVOUSar?; ;ngvt?]emc;ﬁnlﬁs 2% tlrr:eggpdeerf .

+1
. L+1, (i =1) 1+ AT+ 2A, -
la; ai| = 1
L+1

G+ LAi=1,---,A—1.
sin(r(i—i') 25 (i # ') Our simulation results show that the BER we get with exact
sin(n(i=i")x) |’ calculation of P; and that obtained when we s&t_; = I
This is a function of(i — ') mod N. Thus, without loss of with subcarrier reordering are almost the same. Table Vi gi
generality, we can sét = 1 and plot this autocorrelation with the computational complexity incurred in the RLS calculati
respect toi. The autocorrelation decays withas shown in when subcarrier reordering is used (i.e., free frétn calcu-
Figure[2. We can use this observation in implementing olation).
blind RLS algorithm. Specifically, note that the whole OFDM Note that with subcarrier reordering, the new version of the
data is available to us and so we can visit the data subcarriBLS runs without the need to use the power delay profile
in any order we wish. The discussion above shows that the datatistics, which relieves us from the need to provide this
subcarriers should be visited in the ordegri+ A, i4+24,... information.

L
e
afla, = 3 cURG0),
k=0

(40)

(41)




V. COMPUTATIONAL COMPLEXITY IN THE HIGH SNR The cost associated with the LS solution is given by (sekg, [38]
REGIME Chapterll, pp.663)

In the s_ection, we study the other source of comple>_<ity Mf(i):yg) (| _ \/ﬁdiag(jf(i))AE-) [\/ﬁ A(i)diag(i’(i))H
(backtracking) and show that there is almost no backtrﬁkln

-1
. . . . . . . S . 3 H
in the h|gh SNR regime. TO.'[hIS end, cons@er the behavior of VP dlag(X(i))AHi)} \/EA(i)dlag(X(i)))y(i)
the algorithm when processing tith subcarrier. There at€)| - - 1
different alphabet possibilities to choose from at thiscsubier =Y (l — p diag(X ;) A} (PA(i)|diag(X(i))|2Ag‘))
and a similar number of possibilities at the preceding 1 o oH
subcarriers, creating a total ¢§2|i — 1 incorrect sequences A(i)dlag(x(i)))y(i)
X ;) and one correct sequencg ;). The best case scenario _~NH P
. . . . . —y(i) | -—=-D y(i)
is to have only one sequence that satisfiég < r in which
case there would be only one node to visit. The worst case;is_ _ H(|_p . 47
having to visit the remaining2|" — 1 wrong nodes before =~ *® y(”( )y(” (47)

reaching the true sequence (visiting of nodes will happgihere
through backtracking); this latter case is equivalent te th .

. o . . o o _ o u
exhaustive search scenario (i.e., all possible sequentiefys p _ dlag(X(i))AE) (A(i)|d1ag(x(i))|2Ag)) Ay diag(X ).
M/—\?(i) < r). Thus, if we letC; denote the expected number (48)

of nodes visited at thé&h subcarrier, then from above we cans, the probability that the sequenﬁgi) satisfiesMgg(i) <r

write reads
Ci <1+ (0 = 1P, (42)
P, = Pr(M)gm <r)
where P; is the maximum Qrobability that an erroneous -
sequence of symbol&’(;) # X(; has a cost less than b= Pr{ Y (I _D)y(i) =r (49)
We will show that this probability becomes negligibly small
at high SNR values. Recall that In the strict sense of the word, backtracking means visiting
Step3 in our algorithm. Substitutind (44) in (#9) yields
Yy = v/p diag X)) Al b+ N ;) (43) H
h h
where N (;) denotes the first symbols of A/. Note the [(4B) (4) (%)

can be written as

where
< h
Vo = [vpassxeal, 1 [ | @ (" A
= [P Al 1)y ) Go=| VP A0UEX ) 11 - DI[ /5 ding (X () Al 1]
We first prove our claim for the least squares (LS) cost and (51)

then show how the MAP cost reduces to LS cost for highet B = diag(i’(i))Ag), thenG ;) can be written as
SNR.
~_[pB"I1-D/B B"[I-D|I
G“)_{ I[I-D|B I[I-D]I (52)

A LScost which in compact form can be expressed as

pE E;
EY E;|°

Suppose we have an erroneous sequence of syrﬁb@)s;é
i’(i). The LS estimate ofh is found by minimizing the G = [
objective function

(53)

Using the Chernoff bound the right hand side [of] (50) can be
Jrs = X glégN {Hy(i) —\/p diag(X(i))AE)hHQ} (45) bounded in the following way

P <_N :J\ZJHG(“ L‘Z)D ] 4

[A;l ~N(0,X;)) (55)

and the solution ot is (see([38], Chaptet2, pp. 664) P, < elE

h = [Ag;diag(X ;) )diag(X ;) )AL~ Vb A(i)dlag(x(iz))))(i) ‘Noting that
46

5The term "backtracking” refers to the case when the algarith currently
at subcarrieri and it has to change the estimate of the data symbol at so

subcarrierj < i. On the other hand, sweeping the constellation points a
subcarrier to find the first one that satisfiﬁﬂx(i) < r is not considered o= R, O (56)
backtracking. (@) 0o I;|’



we can solve the expression [0 [54) as

n 1" h
/ eXp<_” [N <i>} o L\f <z‘>D
ZS e—urﬂ-(L-ﬁ-i-ﬁ-l)
h 1" h
exp<_ [N <i>} a [N <z'>DdhaW(i)
h 1" h
/ exp<_ [N @J G +1G) [N <z‘>Ddth(i)

ef,urﬂ-(LJriJrl)
fool [l
- N X +1G )

2
e—urﬂ-(L-ﬁ—i-ﬁ—l)

) dhdN (;

(57)

Note that the numerator ii_(b7) is a multi-variate compl
Gaussian integral. Recall that am-dimensional complex
Gaussian integral has the solution (se€ [19])

2 o "
/exp(— ||x||W) = o (58)
This allows us to simplify[(37) as
eMr
P (59)

< .
det(E(i) + /LG(Z-))

Next, we show that the probabilit]; — 0 asp — oco. To

show this, we just need to show that the largest eigenvalueigft »/

the term in the denominator goes to infinity as—» oco.
Lemma 1: Let E = A diag(X ;)T — D]diag(X ;) ALL
be a(L +1) x (L + 1) matrix, then for any sequencif(i), E
has a positive maximum eigenvalug,., and a corresponding
unit-norm eigenvectov of size (L + 1) x 1.
Proof: Recall that

diag(X(i))A H

(A(i) diag(é_t' ;

3

H
(@

D )
. 53 H

(60)

and letF = diag()_c'(l-))Ag), then we can write the above
equation as

D=F (FHF)A Fi — pFf (61)

FHF) FY is the Moore-Penrose pseudo

invers8 (see [41], Chapteb, pp. 422). Therefore,D is an
idempotent matrix with eigenvalues equal to eithanr 1 [40]

where FT =

and hence[I — D] is also a positive semi-definite idempotent

matrix. Note also that the matri& in (53) can be written as

. -~ H
A(i)dlag( (i)
BH1- DB

I — D]diag(X ;) A}

E (i)

(62)
and

2 Ez = 2" BY[I — D|Bz = (Bz)"[I — D|(Bz) > 0 (63)

and soFE is Hermitian and positive semi-definite.

Sthe columns ofF are linearly independent.

e

LetU =[u; ug -+ up41] bea(L+1)x(L+1) unitary
matrix whereu; is the ith eigenvector. thenE = UAUY
where A is a diagonal matrix containing ordered eigenvalues
of E such that\; > \y > --- > Ay 4. Letz = U'ly, then
the maximum eigenvalue df is given as

ax ViEv = max z/'Az (64)
[v]l2=1 llz]]2=1
L+1
= max Ailzi? 65
IIZH2:1; il (65)
L+1

< max A\ zi|? 66

< max Z] | (66)

< )\1 = )\max (67)

;he equality is attained whew is the eigenvector of, ..
[ |
Lemma 2: Given that E has a positive maximum eigen-
value A\« with corresponding unit-norm vector of size
(L +1) x 1, then the maximum eigenvalue 6, in (52) is
lower bounded byw" G ;yw = p Amax Where

L]

Proof: From Lemmal, the largest eigenvalue df is
Amax- It follows that the largest eigenvalue p¥ is pAyax.
max € the largest eigenvalue @¥(;). From [53), we
can see thapE is a principal sub-matrix ol ;) (see [41],
Chapter7, pp.494) and thus

V(L+1)x1

68
0;x1 (68)

!/
)\max

> PAmax (69)
i.e., the largest eigenvalue of the principal sub-map# is
smaller than or equal to the largest eigenvaluedhf (see
[41], Chapter7, pp. 551-552). Thus pA,.x IS @ lower bound
on the largest eigenvalue & ;). ]

Note that3; is positive definite as it is a covariance matrix,
hence it will have positive eigenvalues. From Lemiahe
maximum eigenvalue ofz(;), A, — oo asp — oc. Thus
the denominator in{39) grows to infinity in the limit— oo
and

lim P; — 0 (70)
p—r00

From [42) and[{70), we have
lim C; < 1+(]Q —1) lim P, (71)
pP—00 p—0
lim ¢; < 1 (72)
pP—00

B. MAP cost

The cost associated_ with theAMAP solution of an erroneous
sequence of symbolst' ;) # X(;) is given as (seel[38],
Chapterll, pp.672)

H . 5 H . < H -1
My, =Y (' +p diag(X ;) A RhA(i)dlag(X(i))) Y
(73)



. TABLE IV
Mathematically, TOTAL COMPUTATIONAL COST OF THEML BLIND AND TRAINING BASED

ALGORITHMS AT HIGH SNR
Pi = PI’(M(?(U S T) .
P, = | Algorithm [ x [ ¥ |

_ _ -1 . .
Pr())g) (| +p diag(X(i))Ag)RhA(i)diag(Xg))) Vi < r) ) Blind Algorithm | (3L2 + 11L + 17)N | (2L? + 5L + 4)N

(74) Blind algorithm
with (4L 4+ 13)N (2L +4)N

carrier reordering
Training based
algorithm [39] AL% +17L + 13 212 + 6L + 4

By matrix inversion lemma

s . oaH ) h
(I +/p dlag(X(i))Ag)RhA(i)dlag(X(i)))
= 1 - pdiag(X ;) A Ry +

O H .. = g1t . of length L + 1, which is assumed to be block fading (i.e.,
p A(i)dlag(x(i))dlag(x(i))A(i)} A<i>dlag<?‘275) constant over one OFDM symbol but fades independently from

B L= gl o1 one symbol to another) and whose taps follow an exponential
= |- dlag(X(i))A(i) {; R, + decay profile E[|h(t)|2] _ 6—0.215)_
. = H .. = a1t ., = H
= 1-D (76) We compare the performance of our algorithm against the
where following receivers

D - 1) the subspace—baEEHIind receiver of [[10],
o 1 u - 1 2) the sphere decoding based receiver of [28],
diag(X(i))Ag) [— R, + A(i)diag(X(i))diag(X(i))Ag)} 3) areceiver that acquires the channel through traininy wit
p n L + 1 pilots and a priori channel correlatiaR;, [39],
A(i)diag(x(i)) (77) 4) the ML receiver that acquires data through exhaustive

Thus [74) can be written as search.
The simulations are averaged o0 Monte-Carlo runs.
P = Pr(yg) (| - D) Vi < T) (78) Figure[3 compares the BER performance of our algorithm
with the aforementioned algorithms for an OFDM system

note that[(7B) is of the same form &s](49). The only differengéth N = 16 subcarriers and BPSK data symbols. Note
in the LS and MAP costs is the presence of the tépnﬁ;l in particular that our blind algorithm outperforms both the
in (Z7). Also note that this term depends on the inverse &fibspace and sphere decoding algorithms and almost matches
the SNR. For low SNR, the inverse term i (77) is alwaythe performance of the exhaustive search algorithm for logv a
invertible due to the regularization term. At high SNR, th8igh SNR, which confirms the ML nature of the algorithm.
effect of regularization fades and inverse term [n](77) is Figurel4, which considers theQAM case, shows the same
invertible. At high SNR, i.e.p — oo, % R}:l — 0 and D trends observed for the BPSK case of Figure 3.
of (76) takes the same form as that of LS cost leadingt (72).Figure[$ considers a more realistic OFDM symbol length
Table [TV lists the estimated computational cost for oV = 64), drawn from a4-QAM constellation and allows
blind algorithm in the high SNR regime. Since there is nthe SNR to grow to45 dB. Our blind algorithm shows no
backtracking, the total number of iterations 1§, which error floor signs, which is characteristic of non-ML methods
explains our calculations in TablellV. It thus follows thaet Furthermore, the algorithm beats the training-based naetho
total number of operations needed for our algorithm is of ttand follows closely the performance of the perfect channel
orderO(LN) in high SNR regime. The pilot based approachase. Figurélé shows the results with= 64 subcarriers and
for channel estimation needs to invert Gh+ 1) x (L + 1) 16-QAM data symbols for SNR as large 88 dB. Again, the
matrix (assuming we need -+ 1 pilots to estimate a channelproposed blind algorithm does not reach an error floor.
of length L + 1) with a complexity of the orde©(L?). Since
the cyclic prefix is a fixed fraction of the OFDM symbolB, |ow-Complexity Variations
(L = N/m with m typically set tomm = 4 or 8) we see that
the complexity of the two approaches become comparable
the high SNR regime.

. In this subsection, we investigate the low-complexity vari
dfts of our algorithm. Specifically, we consider the perfor-
mance of the blind algorithm with

1) P, settol,
VI. SIMULATION RESULTS 2) P; set toI with subcarrier reordering
We consider an OFDM system witth' = 16, or 64

subcarriers and a CP of |engm — N The uncoded data "The block fading assumption is maintained for all simulssioHowever,
4 for the subspace blind receiver of [10] to work, the chanretds to stay

SymbOIS are modulated gsing BPSK-QAM, or 16-QAM. constant over a sequence of OFDM symbols. For this partigelzeiver, the
The constructed OFDM signal then passes through a chaneiahnel was kept fixed ovéi0 OFDM symbols.
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—%p— Perfectly known channel

0 5 10 15 20 25 30 10
SNR(dB)

10

=—H— Channel estimated using L+1 pilots and corr.
= © = Proposed Blind Equalization Algorithm
—=y— Perfectly known channel

-5 T T
10 15 20 25 30 35 40 45
SNR(dB)
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= © = Proposed Blind Equalization Algorithm
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Fig. 4. BER vs SNR for4-QAM OFDM over a Rayleigh channel Fig. 6. BER vs SNR for16-QAM OFDM over a Rayleigh channel
with N =16 andL = 3 with N =64 and L = 15

Figure[T exhibits the comparisons for the various algoriihn%he SNl Note that in the high SNR regime our algorithm
for BPSK andN = 16. Note that withP; set toI arbitrarily, run; at the same speed as the subspa(_:e algorithm.
the performance of the blind algorithm deteriorates and th F|g.ur:e hShOWS the faverag.e runtlmde |Of. the p;]roposed
BER reaches an error floor. Contrast this with the algorith{gssr"t( rz W,IAEMN d:1(:5[6 AOI\;I valltrlt_)us Imo ;Jatlo?h scf_ emes
variant that uses subcarrier reordering as well, and natethie Eh tth’ Q an i Qd )- Itis cea_rd rorgl (teh_lgures
performance of this variant follows closely the performané at the average runtime decreases considerably at higifer
the exact blind algorithm. Also note that the BER of both O\falues.
these algorithms beats that of the sphere decoding algorith
of [28]. The same trends are observed in Figure 8, which
considers thel-QAM case. In this paper, we have proposed a low-complexity blind
Figure@ compares the average runtime of various a|g@lgorithm that is able to deal with channels that Change on a
rithms as a function of the SNR. Note first that the extrenf&/mbol by symbol basis allowing it to deal with fast blockfad
cases are the training-based receiver and the exhaustisehseing channels. The algorithm works for general constelfetio
receiver, both of which are independent of the SNR. THd is able to recover the data from output observations only
runtime of the proposed algorithm decreases with the SNR ang _ L
is sandwiched in-between the run time of the sphere decodifg! i requires the channel (o be sonsiant over a blociof 1 OFDM

algorithm and that of the subspace algorithm for all valules eymbols.

VIl. CONCLUSION
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Simulation results demonstrate the favorable performanfce
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University of Petroleum & Minerals (KFUPM) for funding

this work through project No. FI11004.

the algorithm for general constellations and show that its

performance matches the performance of the exhaustivetsear

for small values ofNV.
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Abstract

This paper proposes a low-complexity algorithm for blindigigation of data in OFDM-based wireless systems
with general constellation. The proposed algorithm is dbleecover data even when the channel changes on a
symbol-by-symbol basis, making it suitable for fast fadoigannels. The proposed algorithm does not require any

statistical information of the channel and thus does ndestifom latency normally associated with blind methods.
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We also demonstrate how to reduce the complexity of the altgoy which becomes especially low at high SNR.
Specifically, we show that in the high SNR regime, the numlb@perations is of the ordeP(LN), whereL is the
cyclic prefix length andV is the total number of subcarriers. Simulation results conthe favorable performance

of our algorithm.
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OFDM, channel estimation, maximume-likelihood detectiomaximum a posteriori detection and recursive least

squares.
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. INTRODUCTION

Modern wireless communication systems are expected to ameever increasing demand for high data rates. A
major hindrance for such high data rate systems is multifeding. Orthogonal frequency division multiplexing
(OFDM), owing to its robustness to multipath fading, hasrieorporated in many existing standards (e.g., IEEE
802.11, IEEE 802.16, DAB, DVB, HyperLAN, ADSL etc.) and is also a candidate fortdte wireless standards
(e.g., IEEES02.20). All current standards use pilot symbols to obtain chastegtie information (needed to perform
coherent data detection). This reduces the bandwidthedotaifor data transmission, e.g., the IEER.11n standard
usest subcarriers for pilots, that i51% of the available bandwidth, of thH& subcarriers available for transmission.
Blind equalization methods are advantageous as they dceqgatre regular training/pilots symbols, thus freeing up
valuable bandwidth.

Several works exist in literature on blind channel estioratand equalization. A brief classification of these
works based on a few commonly used constraints/assumpigogé/en in Table[ll (note that this list is not
exhaustive). Broadly speaking, the literature on blindneied estimation can be classified into maximume-likelihood
(ML) methods and non-ML methods.

The non-ML methods include approaches based on subspdugigees [1]{10], second-order statisti¢s [11],
[12], [13], Cholesky factorization_[14], iterative metho(L5], virtual carriers([16] real signal characteristids]
and linear precoding [12]/ [18]. Subspace-based methoHEB]1[7]-[L0] generally have lower complexity but
suffer from slow convergence as they require many OFDM syshm get an accurate estimate of the channel
autocorrelation matrix. Blind methods based on seconeé+osthtistics[[11],[[12],[[13] also require the channel to
be strictly stationary over several OFDM blocks. More oftean not, this condition is not fulfilled in wireless
scenarios (e.g., as in WLAN and fixed wireless application®thods based on Cholesky’s factorizationl[14] and
iterative techniques [15] suffer from high computationahplexity.

Several ML-based blind methods have been proposed intliverg20], [19], [21]-[35], [37]. Although they
incur a higher computational cost, their superior perfarogaand faster convergence is very attractive. These
characteristics make this class of algorithms suitabldofock fading scenarios with short channel coherence time.

Usually, suboptimal approximations are used to reducedhgpaitational complexity of ML-based methods. Though



TABLE |
LITERATURE CLASSIFICATION

| Constraint | Limited by | Not limited by |
[, 21, [3], (5], [6], [7], [3], [10],
Channel constant over [11], [22], [13], [14], [15], [16], [26], [37]
M symbols,M > 1 [17], [18], [20Q], |21], [24], [27], [28]
Uses pilots [, 5], [9], [LO], [d1],
to resolve [14], [15], [16], [18], [20], [36]
phase ambiguity [21], [28], [25], [26], [37]
[21, [381. [6], [e], [12], [13],
Constant modulus constellatign [15], [16], [20], [21], [A], [B], [i7], [a1], [24]
[24], [26], [27], [3€], [37] [17], [19], [28]

these methods reduce the complexity of the exhaustive Micketney still incur a significantly high computational
cost. Some methods like [21], [23], [24] are sensitive ttiafization parameters, while others work only for specific
constellations (see TaHdle I). A few ML-based algorithmswlthe channel to change on a symbol-by-symbol basis

(e.g., [26], [37]), however, these algorithms are only ableleal with constant modulus constellations.

To the best of our knowledge no blind algorithm in literatiseable to deal with channels that change from one
OFDM symbol to another when the data symbols are drawn frorereergl constellation. Contrast this with the
equalization algorithm presented in this paper. The keyfea of the blind equalization algorithm presented in

this paper are that it

1) works with an arbitrary constellation,
2) can deal with channels that change for one symbol to the nex

3) does not assume any statistical information about tharala

In addition, we propose a low-complexity implementationtisé algorithm by utilizing the special structure of

partial FFT matrices and prove that the complexity beconsged@ally low in the high SNR regime.

The paper is organized as follows. Sectioh Il describes yis¢emn model and Sectidn|lll describes the blind
equalization algorithm. Sectidn 1V presents an approxemméthod to reduce the computational complexity of the
algorithm, while Section V evaluates this complexity in thigh SNR regime. Sectidn VI presents the simulation

results and Sectidn VIl gives the concluding remarks.



A. Notation

We denote scalars with small-case letters,vectors with small-case boldface lettess, while the individual
entries of a vectoh are denoted by:(I). Upper case boldface letterX, represent matrices while calligraphic
notation, X, is reserved for vectors in the frequency domain. A hat ovearable indicates an estimate of the
variable, e.g.h is an estimate ok. (.)T and(.)" denote the transpose and Hermitian operations, while ttation
© stands for element-by-element multiplication. The diszieourier transform (DFT) matrix is denoted By and
defined asy, = e 7% (=DE=1 with k,1 = 1,2,--- , N (N is the number of subcarriers in the OFDM symbol),
while the invrse DFT (IDFT) is denoted a@". The notation||a||} represents the weighted norm defined as

lal% 2 a"Ba for some vectow and matrixB.

II. SYSTEM MODEL

Consider an OFDM system where all thé available subcarriers are modulated by data symbols chipgen
an arbitrary constellation. The frequency-domain OFDM kghY’, of size N x 1, undergoes an IDFT operation

to produce the time-domain symbml| i.e.
z=VNQX. 1)

The transmitter then appends a lendticyclic prefix (CP) tox and transmits it over the channel. The channel
h, of maximum lengthL + 1 < N, is assumed to be constant for the duration of a single OFDiMbsy, but
could change from one symbol to the next. The received signalconvolution of the transmitted signal with the
channel observed in additive white circularly symmetricu€san noisex ~ A/ (0, I). The CP converts the linear
convolution relationship to circular convolution, whidh,the frequency domain, reduces to an element-by-element

operation. Discarding the CP, the frequency-domain recesymbol is given by

V=\/pHOX+N, (2)



wherep is the signal to noise ratio (SNR) add, H, X N, are theN-point DFT’s ofy, h, =, and additive noise

n respectively, i.e.

h 1

H=Q : XI\/NQ%

1 1

Note thath is zero padded before taking if§-point DFT. Let A" consist of firstZ + 1 columns ofQ (i.e., A

consist of firstL + 1 rows of Q™), then
H=A"h and h=AH. )
This allows us to rewrite {2) as

Y = /pdiag X)A%h + N (5)

[Il. BLIND EQUALIZATION APPROACH

Consider the input/output equatidd (5), which in its eletanelement form reads

V(j) = vp X(j)ajh+ N(j) (6)

wherea; is the jth column of A. The problem of joint ML channel estimation and data detecfior OFDM

channels can be cast as the following minimization problem

= mi — /p diag(X)A"h|?

JmL W in [V — /p diag(X)A”R|
N

Jmin > Y6) = vp X(@alh

=1

7 N
= min {Zy(j) — VP X(HalR+ > Y() - ﬁX(j)a?V} @)
j=1

h,XeQN =
Jj=i+1



where )V denotes the set of all possiblé —dimensional signal vectors. Let us consider a partial datuence
X ;) up to the time index, i.e

Xo=[x(1) x2) - X0
and defineMy,,, as the corresponding cost function, i.e.

My, = min | V) — v/p diag(X ;) A hll, ®)

whereAg) consists of the first rows of AH.

In the following, we pursue an idea for blind equalizationsarigle-input multiple-output systems first inspired
by [19]. Let R be the optimal value for the objective functidg (7) (we shawwito determineR in Section IlI-B
further ahead). I1fMx, > R, then X(; can not be the first symbols of the ML solutiont™" to (7). To prove

this, letx"" and ﬁML denote the ML estimates and suppose that our estidi’%esatisfies
X =X ©)
i.e. the estimate’?(i) matches the first elements of the ML estimate. Then, we can write

= mi — /p diag(X)A"h|?
R h’glégNHy Vp diag(X)A"h||

N
. <, ML ~ ML . 5 . ML
= Ve - Vo diag(X ) )ARR P+ Y 1VG) - B XM Glaf R

J=i+1
~ ~ ML N ~ ~ ML
= |[¥o) — Vo diag(X ) AR 1P+ > 1VG) — e AN (Galh ), (10)
j=i+1
where the last equation follows froml (9). Now, clearly
. . ~ ML . . .
1Y) — v/p diag(X ;) Ay |1 > min[|¥ ) — /7 diag(X ;) Afj bl (11)
= || ¥ — Vo diag(X ;) Af R, (12)

Thus, for exampleX o) = [X(1), X(2)]T and X (n) = [X (1), , X (N)]



whereh is the argument that minimizes the RHS Bfl(11). Then

ML ~ ML
R = |[¥ — vp diag(X ) AR |2+ Z V@) = Ve X()alh P
j=i+1

My,,. (13)

So, fori'(i) to correspond to the firgtsymbols of the ML solutioni’l(\f)L, we should havé\/[)e(i) < R. Note that
the above represents a necessary condition only. Thﬁfseijfis such that\/ 2 < R, then this does not necessarily

mean that¥ ;, coincides withi’l(\f)L.

This suggests the following method for blind equalizatiéw.each subcarrier frequency make a guess of
the new value ofY (i) and use that along with previous estimated valg&s),..., X(i — 1) to constructﬁ((i).
Estimateh so as to minimizeZ\/[X(i) in (I3) and calculate the resulting minimum vaIuer/,,e(i). If the value of
M/% < R, then proceed t@ + 1. Otherwise, backtrack in some manner and change the guekg;joffor some
j <. A problem with this approach is that fer< L + 1, given any choice oﬂ?(z’), h can always be chosen by
least-squares to makMX(i) in (13) equal to zeQ) Then, we will need at leadi+ 1 pilots defying the blind nature

of our algorithm. Alternatively, our search tree should béeastL + 1 deep before we can obtain a nontrivial (i.e.

nonzero) value forMX(,).

An alternative strategy would be to finkd using weighted regularized least squares. Specificalstead of
minimizing the objective function/,,;;, in equation[(¥), we minimize the maximum a posteriori (MAR)jextive

function

Jyap = hr)?m {HhHR Y =P diag(X)AHh”2} (14)

where R, is the autocorrelation matrix di (in Section IV, we modify the blind algorithm to avoid the wefr

?Since A}, is full rank fori < L + 1, diag(X ;) A{}, is full rank too for each choice afiag(X ;)) and so we will always find some
h that will make the objective function ifi_ (I.3) zero (sinkehas L + 1 degrees of freedom).



channel statistics). Now the objective function[inl(14) éendecomposed as

Juap = min (Rl + D 1VG) - vP X)) R + Z Y() ~ Vb X(j)aj hl? (15)
’ j:

j=1+1

=Mzx,

Given an estimate ofc'(i_l), the cost function reads

Mg, =min {Hhuggl + Y1) — VP diag(ft’(i_l))Ag_l)hHZ} (16)

with the optimum value (seé [38], Chaptt?, pp.671)

. aH . s LA H
= VP Ry A i_yydiag(X ;_y))[I + p diag(X i_1)) A;_)Rn Ay diag(X ;1)) Vi) 17)

and corresponding minimum cost (MMSE error)
mmse= [R, " + PA(i—l)diag(;V(i—n)Hdiag(-’%(i—l))Ag_l)]_l (18)

If we have a guess ok'(i), we can update the cost function and obtaiy, . In fact, the cost function\/y, ' is
the same as that dW»e(.,l) with the additional observatiopr(i) and an additional regressat(i)all, i.e.

2

) y(i—1) diag(f\f(i_l))Aﬁ_l)
Mg, =min HhHZ;] + | —/p h (19)

We can thus, recursively update the vaMgr(_) based onMX(H) using recursive least squares (RLS)I[38], i.e.

My, =My +20D6) 5 X(D)alhi (20)

hi=h;_1+g, (y(i) — P X(i)a?ﬂz’—l) (21)



where

9; = VP (@)X Piia; (22)

1
i) = i 23
W = RO Pa @3)

P; = Pi1—py(i)|X(i)*Pi-1aal'P;, (24)
These recursions apply for alland are initialized by
M/’?(,U =0, P_1=Ry, and h_1=0

Now, let R be the optimal value for the regularized objective funciiorfl4). If the valueR can be estimated, we
can restrict the search of the blind MAP solutidhto the offsprings of those partial sequentﬁég) that satisfy

My, < R. This forms the basis for our exact blind algorithm describetbw.

A. Exact Blind Algorithm

In this subsection, we describe the algorithm used to findtA® solution of the system. The algorithm employs
the above set of iterations_(20{24) to update the value of the cost functiM)em which is then compared with
the optimal valueR. The input parameters for the algorithm are: the receivethisll outpufy, the initial search
radiusr, the modulation constellatigrﬂ and thel x NV index vector!.

The algorithm is described as follows (the algorithm is alescribed by the flowchart in Figuré 1)

1) (Initialize) Seti =1, I(i) = 1 and set¥ (i) = Q(I(i)).

2) (Compare with bound) Compute and store the metrM)e(i>. If M)em > r, go to 3; else, go to 4;

3) (Backtrack) Find the largest 1 <j <i such that

I(j) < |9|. If there exists such, seti = j and go to 5; else go to 6.
4) (Increment subcarrier) If i < N seti =i+ 1,1(i) = 1, X(i) = Q(I(i)) and go to 2; else store current

X (), updater = My, and goto 3.

*Examples of the modulation constellation &eare 4-QAM and 16-QAM. We use|(| to denote the constellation size afidk) for the
kth constellation point. For example, tQAM |Q| = 4 and Q(1),--- ,Q(4) are the four constellation points dfQAM. The indicator
I(7) refers to the last constellation point visited by our seaaftjorithm at theith subcarrier.
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5) (Increment constellatior) Set/(i) = I(i) + 1 and X (i) = Q(I(i)). Go to 2.

6) (End/Restart) If a full-length sequence?(N) has been found in Step 4, output it as the MAP solution and

terminate; otherwise, doubleand go to 1.

The essence of the algorithm is to eliminate any choice ofrthet that increments the objective function beyond
the radiusr. When such a case is confronted, the algorithm backtradkp §3hen Step) to the nearest subcarrier

whose alphabet has not been exhausted (the nearest sebegaliribe the current subcarrier if its alphabet set is

not exhausted).

The other dimension the algorithm works on is properly gzinif » is too small such that we are not able to
backtrack, the algorithm doubles(Step3 then Step6). If on the other hand is too large that we reach the last
subcarrier too fast, the algorithm reduceso the most recent value of the objective function.= My ) and

backtracks (Steg then Step3).

Input : }‘,w,!!
and 1 % Nvector I

Seti=1, Ii)=1
and set £(i)= n{rii))

I

Compute the metric 1y

Findthelargest 1 <j < i Yes
such that I(j) < ||
No P
i=i+1, I(i=1
. Rli)= 001

Storecurrent Ay

i=7 00 =1 +1
Ry =a0rd)

double

update r = -UR‘_,.,-_

Cutput the latest stored
full length sequence a5 ML
solution

Fig. 1. Flowchart of the blind algorithm.
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Remark 1: The backtracking algorithm depends heavily on calculatimg cost function usind_(20)-(24). In the
constant modulus case, the values,opf’(i)|2 in equations[(23) and (24) become constant (equal &) for all

i, and the values of (i) and P; become

1

L 25
(@) 14 pExallP;_ja; (23)

Pi = Pi—l —p (S’X’)/(Z')Pi_laia%—lpi—lv (26)

which are independent of the transmitted signal and thusbeacalculated offline.

Remark 2: The algorithm can also be used for a pilot-based standarthidncase, when the algorithm reaches a
pilot holding-subcarrier, no backtracking is performedtlas value of the data carrier is known perfectly. In the
presence of pilots, it is wise to execute the algorithms tivepilot-holding subcarriers first and subsequently move

to the data subcarriers. For equispaced comb-type pigsnif-orthogonality of regressors is still guaranteed.

Remark 3: Like all blind algorithms, we use one pilot bit to resolve ign ambiguity (see references in Talle I).

B. Determination of initial radius p, Ry, and r

Our algorithm depends op, R;, andr which we need to determine. The receiver can easily estimdig
measuring the additive noise variance at its side. As forctiennel covariance matriR,,, our simulations show
that with carrier reordering we can replaBg with identity with essentially no effect on performanceisSiThecomes
especially true in the high SNR regime. It remains to obtainirdtial guess of the search radius To this emd,

note that ifh and X are perfectly known (withh drawn fromN (0, R;) but is known) then
¢ = ||hlf + 1Y — Vp diag(X) AR (27)

is a chi-square random variable with= 2(N + L + 1) degrees of freedfﬂn Thus, the search radius should be

chosen such thaP(§ > r) < ¢, whereP(¢ > r) =1 — F(r; k), and whereF'(r; k) is the cumulative distribution

“The first term on the right hand side h&@. + 1) degrees of freedom dsis Gaussian distributed while the second term h&sdegrees
of freedom asy — /p diag(X)A"h is just Gaussian noise.
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function of the chi-square random variable given by

P k) = LRt 29)

Here,~(k/2, r/2) is the lower incomplete gamma function defined as
r/2
v(k/2, 7/2) = / /2=l o=t g, (29)
0

So, under this initial radius, we guarantee finding the MARtszn with probability at least —e¢. In case a solution
is not found, the algorithm doubles the valuerchnd starts over. This process continues until a solutioousd.

For example, wherV = 64, L = 15 ande = 0.01, the value of our radius should be set2®!.

IV. AN APPROXIMATE BLIND EQUALIZATION METHOD

There are two main sources that contribute to the complefityhe exact blind algorithm of Sectignllll:

1) Calculating P;: the second step of the blind algorithm requires updatingntietric MX(N)- This metric
depends heavily on operations involving tffe+ 1) x (L + 1) matrix P; which are the most computationally
expansive (see Tablég Il which estimates the computatioomiptexity of the RLS).

2) Backtracking: When the conditiod\@(i) < r is not satisfied, we need to backtrack and pursue anothechbran

of the search tree. This represents a major source of coityplex

In the following, we show how we can avoid calculatifty all together. We postpone the issue of backtracking to

Section V.

A. Avoiding P;

Note that in the RLS recursiors (2024), P, always appears multiplied hy;. Let's see how this changes if we
setP_; = I and assume that the;’s are orthogonal or, in particular, if we assume thdta; 1 = alla; ;2 = 0.

With these assumptions note that

1 1
14 p|XO0)PalP_jag 1+ p|X(0)2(L+1)

(0) (30)
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i.e.,v(0) is independent ofP_;. Also note that

Poay = P_ja; —p~(0)|X(0)*P_iapay P_1a,
= a1 —p~(0)|X(0)]aoay a;

= aj. (31)

For a similar reason
P0a2 = as. (32)
From [31), it is also easy to conclude that

1) = 1
Cl4p | X)L +1)

(33)

i.e.,v(1) is independent ofP,. Also, from [31) and[(32) it follows thaP;a;+1 = a;+1 and P;a; 12 = a;12. We

now investigate what happens 18, ;.

Pi1aiys = Piais—py(i+1)[X(i+1)*Piaii1al Piaiys
= a2 — py(i + DX+ D aiial @i

= aj2. (34)

Similarly,

Pijaiy3 = a3 (35)

So, by induction we see that each occurrencédad; in the recursion sef (20)-(23) can be replaced withThis

allows us to discard (24), i.e.,

My, = Mg +10)060) — b Z(i)alh ) (36)

A~

i = hii+g; (Y6) - VB R()alhisy)., (37)

>
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TABLE Il
ESTIMATED COMPUTATIONAL COST PER ITERATION OF THERLS ALGORITHM

| Term | X | + | + |
VP X()alh;_4 2L + 2 L
V(i) — /P X(i)aj hi—1]? 1 1
p(4) 1 1
]\4?2(1?) 1 1
h; L+2 L+1 1
P,_ia; L?+2L+1 L>+ L
gi L+3
a?Pi_lai L+1 L
~(1) 3 1 1
allP; 4 L +2L+1 L+ L
pP; L?4+2L+2 | L?4+2L+1
Total per iteration | 3L? + 11L 417 | 2L* +5L +4 | 3 |
where
9; = Vpr(H)X()"a (38)
. 1
v(i) = (39)

L+ p [X(@)2(L+1)

Thus, the approximate blind RLS algorithm is effectivelynming at LMS complexity. Tabl€lll summarizes the

computational complexity incurred in the RLS calculation.

B. Avoiding P; with Carrier Reordering

The reduction in complexity above is based on two assumgtidhe first assumption is to sét ; = I (instead
of R;) and the second is to assume that the consecutiigeare orthogonal. Note that the;'s are columns of

A, i.e. they are partial FFT vectors. As such, strictly spegkthey are not orthogonal. Notice, however, that for
i,

L
ooy = Y0, @0
k=0

which after straightforward manipulation can be shown to be

L1, (i =)
alla;| = (41)

sin(mw(i—i") &L . .
L%rl sii(i(i—i/)]y)) , (@#7)

g
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This is a function of(i —i’) mod N. Thus, without loss of generality, we can get 1 and plot this autocorrelation

with respect toi. The autocorrelation decays with as shown in Figuré]2. We can use this observation in

Autocorrelation

70

Fig. 2. Autocorrelation vs for N = 64 and L = 15

implementing our blind RLS algorithm. Specifically, notatlthe whole OFDM data is available to us and so we can
visit the data subcarriers in any order we wish. The disomsabove shows that the data subcarriers should be visited
in the order ¢, i + A, i+ 2A,... whereA should be chosen as large as possible to makea; A, a;ion, ...

as orthogonal as possible, but small enough to avoid rings{or looping back to) a neighborhood too early. We
found the choiceA = LLH to be a good compromise. From Figlide 2, which plbtg (41)Noe 64 and L = 15,
columnsl,5,9,13,17,21,--- ,61 are orthogonal to each other and so are the colum6slo, 14,18, --- ,62. So,

if the vectors are visited in the following ordér5,9,13,17,21,--- ,61,2,6,10,14,18,--- ,62,---, then we have

a consecutive set of vectors that are orthogonal. The ordgmion is in going from columi61 to 2. These two
columns are not really orthogonal but are nearly orthogdthed correlation of columng and61 is zero, so the
correlation of 61 with 2 should be very small since the catieh function is continuous as shown in Figlie 2).
In general, we chosa = LLH and visit the columns in the ordér A,i +2A,--- ;i + LA, i=1,--- A —1.

Our simulation results show that the BER we get with exacotudation of P; and that obtained when we set

P_, = I with subcarrier reordering are almost the same. Table Wgithe computational complexity incurred in
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ESTIMATED COMPUTATIONAL COST PER ITERAT-II-('DA\I\IB(I;E 'll'lll-lERLS ALGORITHM WITH CARRIER REORDERING
| Term | x| + [+]
Vo X(@)allh;_y 2L + 2 L
V(i) — o X(Dalthi | 1 1
p (%) 1 1
My, 1 1
h; L+2 L+1 |1
~(1) 3 1 1
| Total per iteration |4L+13 [ 2L +4 ] 3|

the RLS calculation when subcarrier reordering is used, free from P; calculation).

Note that with subcarrier reordering, the new version of RS runs without the need to use the power delay

profile statistics, which relieves us from the need to prewiais information.

V. COMPUTATIONAL COMPLEXITY IN THE HIGH SNR REGIME

In the section, we study the other source of complexity (backing) and show that there is almost no
backtrackinQ in the high SNR regime. To this end, consider the behaviohefalgorithm when processing the
ith subcarrier. There an€)| different alphabet possibilities to choose from at thiscgwkier and a similar number
of possibilities at the preceding— 1 subcarriers, creating a total ¢®|* — 1 incorrect sequencei'(i) and one
correct sequencé'(i). The best case scenario is to have only one sequence th;itadﬂj(i) < r in which case
there would be only one node to visit. The worst case is hatongsit the remainindQ2|* — 1 wrong nodes before
reaching the true sequence (visiting of nodes will happeouth backtracking); this latter case is equivalent to the
exhaustive search scenario (i.e., all possible sequemisww)gm < r). Thus, if we letC; denote the expected

number of nodes visited at théh subcarrier, then from above we can write
Ci <1+ (1 —=1)P; (42)

5The term "backtracking” refers to the case when the algariik currently at subcarriei and it has to change the estimate of the
data symbol at some subcarrigr< i. On the other hand, sweeping the constellation points atastibr to find the first one that satisfies
Mx(i) < r is not considered backtracking.
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where P; is the maximum probability that an erroneous sequence obsymi'(i) # .ft'(i) has a cost less than

We will show that this probability becomes negligibly smallhigh SNR values. Recall that
Vi) = Vo diad X ;) Al b+ N (43)
where N ;) denotes the first symbols of V. Note the [4B) can be written as

h
N )

We first prove our claim for the least squares (LS) cost and #f®w how the MAP cost reduces to LS cost for

high SNR.

A. LS cost

Suppose we have an erroneous sequence of syrﬁb@)s;é .i‘(i). The LS estimate ok is found by minimizing

the objective function

Jus =, min {[V — Vo disg(¥ ) Af I} (45)

and the solution oh is (see[[38], Chapter2, pp. 664)

. SH - _ . ~H
h = [A)diag(X ;) )diag(X ;) A~ Vb Agydiag(X ;)Y ). (46)

The cost associated with the LS solution is given by (5e&, [B8hpterll, pp. 663)

_ _ -1 _
Mg, = V(1= vp diag(X ) Al (Vb A diag(X )"V diag(X ) AL ) VpAGdiag(X(})) Vg

H
My, = Y I_D>y(i) (47)
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where

—1
—dj X H ; Y 2 4H . H
So the probability that the sequenﬁ_qi) satisfiesM)g(i) < r reads

P, = Pr(Mg, <7)

P = Pr<yg)(l—D>y(i)§r> (49)

In the strict sense of the word, backtracking means visiBtgp3 in our algorithm. Substituting (44) i (49) yields

H
h h
N N
where
< H
VP Agpydiag(X ;) )
Ga = [ = DI | /p diag(X ;) Al I|- (51)

I

A~

Let B = diag(x(i))Ag), thenG ;) can be written as

pBYI-D/B BY[I-D|I
Gy = (52)
I[I-D)B I[I-D|I

which in compact form can be expressed as

pE  E;
G = . (53)

Ell E;

Using the Chernoff bound the right hand side [of] (50) can bentded in the following way

H
h h
P, <eME exp| —up G(z) . (54)
N N



19

Noting that
h
N
with
Ry, O
i = ; (56)
0 I
we can solve the expression [n[54) as
H H
h h h h
/exp — G(z) exp| — E(z) dhd./\/‘(l)
N N N N
b= e~k p(L+i+1)
- H
h h
/exp — (E(i) + ,uG(i)) dth(i)
N N
- e—hr g (L+i+1)
2
h
/ exp| — dhdN ;)
N
_ X +uGw) (57)

et (L+i+1)

Note that the numerator ib_(b7) is a multi-variate complexi§€sgan integral. Recall that andimensional complex

Gaussian integral has the solution (se€ [19])

/exp(— HXH%/V) dx =

det(W)’ (58)

This allows us to simplify[(57) as
ur
P, < ‘ .
det(Z(i) + MG(Z-))

(59)

Next, we show that the probabilit®;, — 0 asp — oc. To show this, we just need to show that the largest eigeavalu

of the term in the denominator goes to infinity @as— oc.

Lemma 1: Let E = A diag(X;

))[I—D]diag(i’(i))Ag) be a(L+1) x (L +1) matrix, then for any sequence
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X(i), E has a positive maximum eigenvalug,.x and a corresponding unit-norm eigenvectoof size(L+1) x 1.

Proof: Recall that
: 1 H . 3-H g =y H -1 . ~H
and letF = diag(i‘(i))Ag), then we can write the above equation as
D =F (F'F)"' FY = FFt (61)

where Ff = (FHF)_1 F" is the Moore-Penrose pseudo—invgrme [41], Chapteb, pp. 422). Therefore,D is
an idempotent matrix with eigenvalues equal to either 1 [40] and hencell — D] is also a positive semi-definite

idempotent matrix. Note also that the mati#xin (53) can be written as

. s, H . 2
E = Agdiag(X ;) - D]dlag(X(i))Ag)

= BYI-DB (62)

and
28 Ez = z"'BY[I — D|Bz = (Bz)"[I — D|(Bz) >0 (63)

and soF is Hermitian and positive semi-definite.

LetU = [u; uz --- ury1] be a(L + 1) x (L + 1) unitary matrix whereu; is the ith eigenvector. then,

E = UAU" whereA is a diagonal matrix containing ordered eigenvaluegaguch that\; > Xy > --- > Ar41.

Sthe columns ofF" are linearly independent.
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Let z = U'v, then the maximum eigenvalue & is given as

max vVIiEv = max z''Az (64)
[lvll2=1 l|z[|.=1
L+1
= max Z)\i|zi|2 (65)
llzll=1 "=
L+1
< max A\ Z |22 (66)
llzll.=1 =
< /\1 — >\max (67)
The equality is attained whemw is the eigenvector ol .x. ]

Lemma 2: Given thatE has a positive maximum eigenvalug,,x with corresponding unit-norm vector of

size (L + 1) x 1, then the maximum eigenvalue Gf;, in (52) is lower bounded bvaG(Z-)w = p Amax Where

V(L

0;x1

Proof: From Lemmal, the largest eigenvalue df is A\.... It follows that the largest eigenvalue o¥ is

PAmax. Let N

max

be the largest eigenvalue & ;). From [53), we can see thatf is a principal sub-matrix of
G ;) (seel[41], ChapteT, pp. 494) and thus

)\/ > p)\max (69)

max

i.e., the largest eigenvalue of the principal sub-matidx is smaller than or equal to the largest eigenvalu&of

(see [41], ChapteT, pp. 551-552). ThuspAn.x is a lower bound on the largest eigenvalueGy; . [ |

Note thatX; is positive definite as it is a covariance matrix, hence it idglve positive eigenvalues. From Lemma

2, the maximum eigenvalue @ ;), M., — oo asp — oo. Thus the denominator i (59) grows to infinity in the

max
limit p — oo and

lim P, — 0 (70)

p—00
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From [(42) and[(70), we have

lim C; < 1+(|Q —1) lim P; (71)
pP—>0 p—r00
lim C; < 1 (72)

p—>00

B. MAP cost

The cost associated with the MAP solution of an erroneouseserg of symbolsfc’(i) + ft'(i) is given as (see

[38], Chapterl1, pp. 672)

_ _ -1
My, =Y (l + p diag(X ;) Al RhA(i)diag(Xg))> Y (73)
Mathematically,
P, = Pr(Mg, <)
_ _ —1
P = pr<yg) (l tp diag(X(,-))Ag)RhA(i)diag(Xg))> Vi < r>. (74)

By matrix inversion lemma

.= . 5H L\ L
(I +/p dlag(X(i))Ag-) RhA(i)dlag(X(i))>
. 5 H -1 . 3 H . S H -1 . 3 H
= l-p dlag(X(i))A(i) [Rh +p A(i)dlag(X(i))dlag(X(i))A(i)} A(i)dlag(X(i)) (75)
. S H 1 —1 . 3 H . S H -1 . 3 H
= | —diag(X ;) A [; R, "+ A(i)dlag(X(i))dlag(X(i))A(i)} Ay diag(X ;)
= 1-D (76)

where

ST 3 H 1 -1 . > H . 3 H -1 . > H
D = dlag(X(i))A(i) [; R, "+ A(i)dlag(X(i))dlag(X(i))A(i) A(i)dlag(X(i)) (77)
Thus [74) can be written as

P, = PF(J’E) (l - D) Vi < 7"> (78)
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TABLE IV
TOTAL COMPUTATIONAL COST OF THEML BLIND AND TRAINING BASED ALGORITHMS AT HIGH SNR

| Algorithm | X | + |
Blind Algorithm (3L2 + 11L +17)N | (2L? + 5L +4)N
Blind Alg. with Carrier Reordering (4L + 13)N (2L +4)N
Training Based Algorithm[[39] 402 +17L + 13 2L% + 6L + 4

note that[(7B) is of the same form as(49). The only differeincthe LS and MAP costs is the presence of the
term% R;l in (Z7). Also note that this term depends on the inverse ofSNR. For low SNR, the inverse term in
(77) is always invertible due to the regularization term.idgh SNR, the effect of regularization fades and inverse
term in [77) is invertible. At high SNR, i.eg — oo, % Rgl — 0 and D of (76) takes the same form as that of
LS cost leading to[{72).

Table[IM lists the estimated computational cost for our dblagorithm in the high SNR regime. Since there is
no backtracking, the total number of iterationsNs which explains our calculations in TaklellV. It thus follew
that the total number of operations needed for our algorithof the orderO(LN) in high SNR regime. The pilot
based approach for channel estimation needs to invefLanl) x (L + 1) matrix (assuming we neefl + 1 pilots
to estimate a channel of length+ 1) with a complexity of the orde©(L?). Since the cyclic prefix is a fixed
fraction of the OFDM symbol[L = N/m with m typically set tom = 4 or 8) we see that the complexity of the

two approaches become comparable in the high SNR regime.

VI. SIMULATION RESULTS

We consider an OFDM system witN = 16, or 64 subcarriers and a CP of lengih= % The uncoded data
symbols are modulated using BPSKQAM, or 16-QAM. The constructed OFDM signal then passes through a
channel of lengthl. 4+ 1, which is assumed to be block fading (i.e., constant over ©R®M symbol but fades

independently from one symbol to another) and whose tapsif@n exponential decay profilé(|a(t)|?] = e~ 2.

A. Bench marking

We compare the performance of our algorithm against thevatlg receivers
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1) the subspace-baﬂﬁldlind receiver of [[10],

2) the sphere decoding based receiver_of [28],

3) a receiver that acquires the channel through training Wit- 1 pilots and a priori channel correlatiaR;,

[39],

4) the ML receiver that acquires data through exhaustivechea
The simulations are averaged ov#0 Monte-Carlo runs.

Figure[3 compares the BER performance of our algorithm with aforementioned algorithms for an OFDM
system with N = 16 subcarriers and BPSK data symbols. Note in particular tbattind algorithm outperforms
both the subspace and sphere decoding algorithms and amnatehes the performance of the exhaustive search
algorithm for low and high SNR, which confirms the ML naturetiog algorithm.

Figure[4, which considers the QAM case, shows the same trends observed for the BPSK cdSigw[3.

= © = Subspace algorithm of [10]
10| = A = Sphere decoding [28]
+=Q@= Proposed blind algorithm
—&— Exhaustive search

—— Channel est. using L+1 pilots and corr.
—XF— Perfectly known channel

0 5 10 15 20 25 30
SNR(dB)

4

10"

Fig. 3. BER vs SNR for BPSK OFDM over a Rayleigh channel with= 16 andL = 3

Figure[® considers a more realistic OFDM symbol length £ 64), drawn from a4-QAM constellation and

allows the SNR to grow td5 dB. Our blind algorithm shows no error floor signs, which isuatcteristic of non-ML

"The block fading assumption is maintained for all simulasioHowever, for the subspace blind receiver[of [10] to wakle channel
needs to stay constant over a sequence of OFDM symbols. Bagpatticular receiver, the channel was kept fixed a3@OFDM symbols.
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10
10°
10
o
[
m
10°
= © = Subspace algorithm of [10]
101 = A = Sphere decoding [28]
+ =Q= Proposed blind algorithm
—@— Channel est. using L+1 pilots and corr.
. =—p— Perfectly known channel
10_ I I I I I I I
0 5 10 15 20 25 30 35 40
SNR(dB)

Fig. 4. BER vs SNR for4-QAM OFDM over a Rayleigh channel with = 16 and L = 3

methods. Furthermore, the algorithm beats the trainirspdhanethod and follows closely the performance of the
perfect channel case. Figure 6 shows the results Witk 64 subcarriers and6-QAM data symbols for SNR as

large as50 dB. Again, the proposed blind algorithm does not reach aor diwor.

10
1~
10~
107
x
L
m
10°
10"
=8 Channel estimated using L+1 pilots and corr.
= © = Proposed Blind Equalization Algorithm
S| = Perfectly known channel
10

10 15 20 25 30 35 40 45
SNR(dB)

Fig. 5. BER vs SNR for4-QAM OFDM over a Rayleigh channel withi = 64 and L = 15
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BER

=g Channel Estimated using L+1 pilots and Corr.
= © = Proposed Blind Equalization Algorithm
—Rp— Perfectly known Channel

. ‘
30 35 40 45 50
SNR(dB)

10

Fig. 6. BER vs SNR for16-QAM OFDM over a Rayleigh channel withh = 64 and L = 15

B. Low-Complexity Variations

In this subsection, we investigate the low-complexity &ats of our algorithm. Specifically, we consider the

performance of the blind algorithm with

1) P; settol,

2) P; set toI with subcarrier reordering

Figure[T exhibits the comparisons for the various algoriffor BPSK andN = 16. Note that withP; set toI
arbitrarily, the performance of the blind algorithm dedeaites and the BER reaches an error floor. Contrast this
with the algorithm variant that uses subcarrier reordedsgwell, and note that the performance of this variant
follows closely the performance of the exact blind algarithAlso note that the BER of both of these algorithms
beats that of the sphere decoding algorithm_of [28]. The smemgls are observed in Figure 8, which considers the
4-QAM case.

Figure[9 compares the average runtime of various algorithsres function of the SNR. Note first that the extreme
cases are the training-based receiver and the exhaustivehseceiver, both of which are independent of the SNR.

The runtime of the proposed algorithm decreases with the 8iRis sandwiched in-between the run time of the
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= © = Subspace algorithm of [10]
-3|| = A = Sphere decoding [28]
—@— Blind Algo. with P settol

=f— Blind Algo. with subcarrier reordering
=@= Proposed blind algorithm
—3— Perfectly known channel

-4

10

0 5 10 15 20 25 30
SNR(dB)

Fig. 7. Comparison of low-complexity algorithms for BPSK OFDM wiffi = 16 and L = 3

sphere decoding algorithm and that of the subspace algoffith all values of the SNHZ Note that in the high
SNR regime our algorithm runs at the same speed as the s@bajggrithm.

Figure[10 shows the average runtime of the proposed algontith N = 16 for various modulation schemes
(BPSK,4-QAM and 16-QAM). It is clear from the figure that the average runtimeréases considerably at higher

SNR values.

VIlI. CONCLUSION

In this paper, we have proposed a low-complexity blind athor that is able to deal with channels that change
on a symbol by symbol basis allowing it to deal with fast bldalling channels. The algorithm works for general
constellations and is able to recover the data from outpsewfations only. Simulation results demonstrate the
favorable performance of the algorithm for general cofatiehs and show that its performance matches the
performance of the exhaustive search for small valued of

We have also proposed an approximate blind equalizatiolmadetavoiding P; with subcarrier reordering) to

reduce the computational complexity. As evident from thawation results, this approximate method performs

8The runtime of the subspace algorithm is adjusted to acdmurihe fact that it requires the channel to be constant ovsloek of L + 1
OFDM symbols.
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10
10"
107
o
L
o
10
—@— Blind Algo. with Pi setto |
107} | =8 Blind Algo. with subcarrier reordering
=0= Proposed blind algorithm
—@— Channel est. using L+1 pilots and corr.
—p— Perfectly known channel
-5
10 Il Il Il Il Il Il Il
0 5 10 15 20 25 30 35 40
SNR(dB)

Fig. 8. Comparison of low-complexity algorithms fdrQAM OFDM with N = 16 andL = 3

10"
— ——t—— —0 b
N —&@— Exhaustive search
\ = B = Sphere decoding [28]
10%k \\ = © = Proposed exact blind algo. | |
\ = € = Subspace algorithm of [10]
- h =Ry Training based
2 @ N
] ~
8 ~ N A .
2 10t O, o E
g -]
Q ~ ~
E (]
= -
~ 3 ~ -
e = - - - —r ———— = = = [
10 -0- - - F— $-—--8- - -
—V v W W v— *T
100 Il Il Il Il Il Il
0 5 10 15 20 25 30 35
SNR(dB)

Fig. 9. Average time comparison for BPSK data symbols with= 16 and L = 3

quite close to the exact blind algorithm and can work prgpetithout a priori knowledge of the channel statistics.
Finally, we study the complexity of our blind algorithm anlosv that it becomes especially low in the high SNR

regime.
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10 T T T T T T
—— 16 QAM
] —B— 4 QAM
10°} —e—BPSK |1

Time(milliseconds)

0 5 10 15 20 25 30 35
SNR(dB)

Fig. 10. Average Time Comparison for our Blind Algorithm for DiffeveModulation with N = 16 and L = 3
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