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Abstract

A long-standing open question in information theory is tartterize the unicast capacity of
a wireless relay network. The filculty arises due to the complex signal interactions induoed
the network, since the wireless channel inherently brostdce signals and there is interference
among transmissions. Recently, Avestimehr, Diggavi arelgreposed a linear deterministic model
that takes into account the shared nature of wireless ckgrfoeusing on the signal interactions
rather than the background noise. They generalized thecatimmax-flow theorem for graphs to
networks of deterministic channels and proved that the a@igpean be achieved using information
theoretical tools. They showed that the value of the mininowinis in this case the minimum rank
of all the adjacency matrices describing source-destinatuts.

In this paper,we develop a polynomial time algorithm thatdiers the relay encoding strategy
to achieve the min-cut value in linear deterministic (wasd) networks, for the case of a unicast
connection. Our algorithm crucially uses a notion of linéaependence between channels to
calculate the capacity in polynomial time. Moreover, we eahieve the capacity by using very
simple one-symbol processing at the intermediate nodesehly constructively yielding finite length

strategies that achieve the unicast capacity of the lineterohinistic (wireless) relay network.

|. INTRODUCTION

Let G = (V, E) denote a directed graph with unit capacity edges. We cak thfieach edge
of this graph as a channefthogonalto all other channels, where each channel (edge) has a
single input and a single output, and can be used to send la syimbol from the input to the
output (unit capacity). We can then depict a hode with mldtipcoming and outgoing edges
as having multiple inputs and multiple outputs, as deteechihy its adjacent edges, where
inputs and outputs can be arbitrarily connected to eachr etithin the node. For example,
Fig.[I(a) depicts a node in a directed graph, and Eig. 1(b)ethévalent representation of

this node.
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Wireless relay networks cannot be represented as graphiso dive inherently shared nature
of the wireless medium that causes complex signal intenastiln the wireless medium,
transmissions are broadcasted, and may be received byplaukiceivers at dierent signal
strengths depending on path loss parameters. Moreovee, ihénterference between trans-
missions, and the signal fromftkrent nodes in the network can be received at veffadint
power at a given receiver (high dynamic range of receivedads). The characterization
of the unicast capacity of a wireless relay network has beeopen problem for decades,
mainly due to these complex signal interactions.

Recently, Avestimehr, Diggavi and Tsel [4],] [5] proposed reedir deterministic network
model (we will call this ADT model) that takes into accounttteractions between the
signals in a wireless network, i.e., broadcasting and fietence, and represents the noise
by a deterministic threshold rather than a random varialthe. symbols received below the
noise threshold are discarded. The argument is that for 8ighal-to-Noise-Ratio (SNR),
it is the signal interactions that will dominate the perfame, and thus the capacity of the
deterministic could be very close to that of the noisy nekw@hus networks of deterministic
channels could be used as approximate models for wireldasries.

The ADT model is based on the intuition of dividing the trait$ed and received signals
into symbols, where each symbol is transmitted at féedknt power level, and assuming
that only symbols above a deterministic noise thresholtlbvélsuccessfully received. Deter-
ministic networks can be over over an arbitrary fi€lg In the following, when we do not
explicitly specify the field, we will imply that the networkperates over the binary field.

As an example, consider a point-to-point AWGN chanyek 2¢/?x + z, and assume that
input bits xq, X, .., X, are transmitted from a nodk, while a nodeB observes the signal
The capacity is log(* 2%) ~ alog(2), assuming is unit variance noiseqf represents the
channel gain in dB scale < [log(SNRT1). The ADT model over; in this case is obtained
by truncating the received signal and assuming thatathmost significant bits (MSB) of
x are alwaysabove the deterministic noise threshold and received safidey at nodeB.
The parametewr captures the path loss and determines how many of the MSBbitsare
received aty.

When broadcasting, each receiver ndjewill receive themy MSB from the transmitted
bits X1, X, .., X5, With 0 < my < n. For example, when in Fid 2 nod® transmits, node}

receives both the transmitted bits, while nodlereceives only the MSB that was transmitted



with the higher power. The fference between the bit index at the transmitter and the bit
index at the receiver represents path loss.

Interference in the ADT model is modeled through bit-wisedoy addition, unlike Gaus-
sian networks, where interfering signals are added thraaghlar addition. In Fig.12 the bit
Vs equals the binary addition (xor) of bitg and x4. Again, the signal from dierent nodes
in the network can be received affférent power at a given receiver. For example, nbde
observes ayy the xor ofxs andx;, i.e., the MSB from nodd®, and the 2¢ MSB from node
B,. The generalization over an arbitrary fiefg is straightforward, by substituting binary

addition with addition ovef,.
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Fig. 1. (a) A node in a directed graph, (b) equivalent represemtatioough orthogonal channels, and (c) a
node in a network of deterministic channels.

In the ADT model, unlike graphs, channels are no longer guinal. Each input might
be connected to multiple outputs belonging iffelient nodes, and the relationship between
these inputs and outputs is determined by a set of lineartieqsa In Fig.[2, the channel
between the node&;, A, andB;, B, can be described through the equatigns y; = X3+ X4.

A generic node of deterministic channel networks is degiateFig.[1(c). Loosely speaking,

in deterministic networks, we can have Linear Dependenty (elationships between edges
(we will make this precise in the following section), evemulgh these edges might not be
adjacent. For example, in Figl 2, the edges ¥s) and (4, y;) are linearly dependent. This

makes challenging the task of calculating the min-cut vdlaveen a source-destination
(S-D) pair and of identifying the node operations.

Avestimehr, Diggavi and Tse generalized the min-cut maw-ftbeorem for graphs to
networks of deterministic channels and proved that the @gp&an be achieved using
information theoretical tools. They showed that the valighe minimum cut is in this

case the minimum rank of all the adjacency matrices desgyibource-destination cuts. For



Fig. 2. An example of a linear binary deterministic network.

example, in Figl2 the minimum cut value equals

Yo Y7
rank xg 1 1) =1
X4 11

Note that there exists an exponential number of cuts, and idhentifying the capacity
through exhaustive search becomes infeasible. In thisrpaye develop a constructive
polynomial-time algorithm which allows tofigciently calculate the min-cut value between a
S — D pair, and to achieve this value using simple operationslay neodes.

To construct our algorithm, it is easy to see that, attengptondirectly extend the Ford-
Fulkerson (FF) algorithm [2], or other path-augmentingoailiyms developed for graphs, is
not straightforward. Indeed, assume that in Eilg. 2 we hawe fatst iteration identified the
path highlighted in bold. The FF algorithm may attempt to Eypghe path consisting of
the edgesXy, y3), (X4, ¥7), (X7, Yo), Which in fact is vertex disjoint (excluding the S, D nodes)
from the already identified path. However, because edgeys] and (4,y7) are LD, this
path cannot bring innovative information to the destination fact, the min-cut value in this
network equals one. Given that channels can interact inipheifvays, it is not clear that a
polynomial algorithm does exist.

Even in regular graphs, the number of cuts between an S-Dipa&xponentially large.



However, polynomial time algorithms do exist in that caseeQvay to understand this is
by observing that, in the FF algorithm for example, we arevedld to make “mistakes”
when selecting a path, where a mistake in this case is whenthagoasses a minimum
cut more than once. The strength of the algorithm comes flwnfact that such mistakes
can be “corrected”, by allowing to use employed edges in fhEosite direction. What these
corrections do is feectively “rewiring” already identified partial-paths. Fexample in Figl B,

a first iteration identifies the path that uses the edgBsBC and DE. This path crosses a
min-cut twice. A subsequent iteration can use e@gein the opposite direction to find a
new S-D path. This amounts to, no longer using eB@eand having two rewired paths: The

first part of the first path arrives at node B, and is then complged by the second path

Fig. 3. Correcting a “mistake” in the Ford-Fulkerson algorithm danthought of as “rewiring paths”.

from B to D. The second path arrives from S to E, and from E to Basiplemented by
the first path.

In deterministic networks, we cannot avoid making “mistk&hen selecting which paths
to use, where now a mistake amounts to using the wrong edgesdre a set of linearly
dependent edges; thus, to find a polynomial time algorithe,need to put in place some
simple mechanisms to “correct” such mistakes. As we will se®llowing sections, now
using edges in opposite directions is no longdtisent or helpful; we may in fact have to
“jlump” across nodes, and change the inputs or outputs eraglby already identified paths.
The interesting and surprising point is that, there existeethod to perform such corrections
in polynomial time, and thus, no “mistake” is catastrophic.

We close this section by noting that in [4], it was observedt th study coding strategies
and achievable rates, we can reduce an arbitrary netwookaini&yered network, through a

time-expansion technique, with asymptotically no rateslorhus in this paper we will also



focus our attention in layered networks, which will be defifermally in the next section.

This paper is based on the work [n [11]. The algorithmlin [1Hswresented over binary
fields. Moreover, the proof of the algorithm presented_ir] @dplies under some assumptions
on the structure of the linear dependency between inputsaipdits. In this paper, we provide
a simple modification of [11] that holds with no assumptiomstbe linear dependency of
the channels. Moreover, we present the algorithm over atrampfinite field F,. The paper
in [11] was followed up by a very nice connection with mat@nd the development of
alternative algorithms for this problern_[12].

This paper is organized as follows. Sectidn Il introducesrmiation and basic definitions.
Section[1ll describes our algorithm, provides a number cénegles, and proves that it

identifies a minimal value cut. Sectién]IV concludes the pape

Il. M oDEL AND DEFINITIONS

In this section, we start by defining the layered determimisétwork model for a unicast
connection over a network.

Definition 1: (Layered Deterministic Networkf layered deterministic network model
over a finite fieldF,, consists of a set of nodes and a set of channels (or edgds}iveit
following properties:

1) Each node consist of two sets, the set of inputs and thef seitputs of the node. We
will generally denote inputs using the variableand outputs using the variabje We
will denote by A(x) and A(y) respectively, the node where inpyt(outputy) belongs
to. Let lya be the total number of inputs in the network add:, the total number of
outputs in the network.

2) The nodes of the deterministic model are partitioned irispdach part is called a
layer of the network. We assume that each layer has at Masbdes, and denote by
V; the set of nodes in layer The layers are labeled by= 1,2, ..., A, whereA is the
number of layers.

3) Layer 1 and layeA each has only one node in it. The node of the first layer is @alle
“source node” and is denoted & and the node of the last layer is called “receiver
node” and is denoted bip. The source node has only outputs and the receiver node
has only inputs.

4) Each channel is a link between an input of a node in layteran output of a node



in layeri + 1 where 1< i < A — 1. A fixed nonzero value over a finite fielg, is
associated with each link.

5) Letx denote a vector that collects all inputs in layeandy a vector that collects all
outputs in the next laydr+ 1. Then these vectors are connected through a given linear
transformation oveF, i.e.,y = Tx, where each nonzero value in the transformation

matrix T corresponds to a channel and its associated value. O

We can define a transformation matrix between an arbitrabgetuof inputs and outputs
in adjacent layers. Le¥ be a subset of all inputs in layemandW be a subset of all outputs
in layeri + 1 (for simplicity we do not include theindices).

Definition 2: (Transfer Matrix)We defineT (V, W) to be the matrix whose rows are labeled
with the elements oY/, the columns with the elements @f and the entry\, w) is nonzero
if and only if there is a channel between inpuand outputw. T(V, W) is called the transfer
matrix betweerv andW. O

We will describe the extension of a given transformation rimal (V, W) by adding a
row corresponding to an inpw ¢ V as T({V, x}, W) and the extension by adding both a
row corresponding to an input and a column corresponding to an outpunot already
contained invV andW) asT({V, x}, {W. y}).

The maximum informatiors can send tdD depends on the minimum cut value in the
network, defined as follows.

Definition 3: (Cut and Cut-ValueBy an S — D cut V: we mean a partition of the nodes
into two partsV, andV, in such a way that € vV, andT € V,. We define the value of
Ve to be ranl (A;, Az) log, g, where rank refers to matrix rani, is the set of all inputs
in the nodes inMVy, A, is the set of all outputs of the nodes1%, andq is the size of the
employed finite field. The minimum cut value equatsn, rankT (A, Az) log, g, where the
minimization is over allS — D cuts. O

We will sometimes distinguish betweenlayer-cut and across-cut There exist exactly
A —1 layer cuts, one between every two consecutive layers. Xample, thej-layer cut is
Vi=Viu...uV;andV,; =V}, U...UV, for 1< j <A -1. A cross-cut involves several
layers. The transfer matrix for a cross-cut is block diagométh the nodes in each layer
belonging in a dferent block.

Next, we will define the notion of linear dependency betweeannels.



Definition 4: (LI and LD ChannelsSuppose thatl is a subset of channels between layers
i andi + 1. LetV be the set of all inputs that are the head of a channél endW be the
set of tails of these channels. We sHyis a set of Linearly Independent (LI) channels if
rankT (V, W) = |H|. Otherwise we say is a set of Linearly Dependent (LD) channelso

Our algorithm will send information frons to D using S — D paths, defined in the
following. Through every patls sends one symbol ovéi, to D.

Definition 5: (S—-D Path).An S—D path is a disjoint set of edges;(e,, ..., ey_1) Where
e, starts fromS, e,_; finishes atD, andg finishes at the same node where edge starts.

All S —D paths have the same length- 1, because of the structure of the layered network.
i

Essentially, selecting paths amounts to appropriatecsiel sets of input¥ and outputs
W to be used in each layer. To ensure that the information dadigh diferent paths can
be decoded at the destination we need to use linearly indepér{LI) paths, defined as
follows.

Definition 6: (LI-Paths).Suppose thaP is a set ofS — D paths. We say these paths are
linearly independent if and only if the set of edges of theathpin every layer form a set
of linearly independent edges. O

Note that eachx andy can take part in at most one of the LI paths; in this case we will
say that it isusedby that path. That is, we will say that a channel inpus used, if there
exists a path that uses a channely() for somey’. Similarly, we will say that a channel

outputy is used, if there exists a path that uses a chanigy)(for somex'.

IIl. TuE UnicasT ALGORITHM
A. Main idea

In our algorithm, we will find linearly independent paths caiger another, in iterations.
The first iteration identifies a pa#,. This is always possible if the source is connected to the
destination, otherwise the capacity is zero. Each subsedueeation identifies an additional
path such that all selected paths are LI (as by definifion 6).example at iteratioi + 1,
the algorithm takes as input the LI patfs= {P,,...,Px} and attempts to find patRy..
such that the path§P.,...,Pk.1} are also LI (as by definitionl 6). Each iteration finishes
once we reach the destination. The algorithm stops wheneaatiin cannot complete, at

which point the algorithm outputs the set of identified LIhpP.



To find a new path, we start from the source and select one ehaheach layer until we
reach the destination if possible. At each layer we needlexsa valid channel, in the sense
that it is linearly independent from the set of the channélhe identified paths in that layer
in previous iterations. A main tool that we use to achievs thithat we allow the algorithm
to perform some type of “rewiring” inside one layer at a tildssume for example that we
haveK + 1 “partial” paths from the source to nodes in layeand K “partial” paths from
nodes from layeii + 1 to the destination. Rewiring refers to that we change thpping
between the starting and finishing paths by changing therngiarwe employ, while still
preserving LI across thelayer cut. These rewiring are achieved through two fumstjdhe
L-function and thep-function, which we describe in detail later.

Note that, instead of selecting channels (or paths), we cprvaently think of our
algorithm as appropriately selecting a subset of inputsarnguts to be used in each layer.
Each node internally simply maps each of its used inputs tsed wutput (the specific
mapping is not important). That is, selectikgpaths amounts to selectir§y inputs U, at
each layeri andK outputsU, at the corresponding layeér 1 such that the transfer matrix
Ti = T(Ux, Uy) is full rank for eachi.

Each of the LI paths that the algorithm outputs will be useadaovey an independent
symbol over the field~, from the source to the destination. betollect theK used outputs
of the source ang collect theK used inputs of the receiver. The overall transfer matrix
T=T,-T,...Ta_1 is full rank and thereforex can be recovered at the receiver by solving

the system of linear equations
y = TX = T1~T2...TA_1X.

That is, although we send one symbol through each path, dtieettinear combining the

deterministic model imposes, the receiver will still needsblve equations to retrieve the
data. By the choice of paths, that is, by selecting at eacle tloel edges we use to collect
and transmit information, we preserve the “degrees of fsg€dthe number of independent

linear equations the receiver decodes.

B. Algorithm Description

Assume we are at iteratiod + 1, that takes as input the LI pathfs= {#,,...,Pk} and

attempts to find pathPy., such that the pathigP,, ..., Pk.1} are also LI (as by definitionl 6).



During this iteration, weexplore nodes, starting from the source no8e We will use
the terminology of exploring a noda& to indicate that we have found a path frdgnto A
(LI from the paths in®) and attempt to continue this path from nodeo D in order to
complete®y.,;. Note that which input; € A we use to reach the nod® does not play a
role; to explore a node it is flicient that we arrive at it using any of its inputs. Once we
reach a node, wenarkthe node as visited, and attempt to explore all edges enmgnitm
it, as potential candidates for the pafh,;. We use an indicator variabld1 with values
{T,F}, to mark whether a node or edge has been explcrgar not F). We need explore
(according to operations to be defined) each node duringiearetion at most once, and we
will do that calling a functionEs. Exploring a node reduces to exploring all unused inputs
that it contains; exploring an input is achieved by callinfuaction E,. Each edge may be
explored during each iteration multiple times, for reasaswill explain in the following,
but no more than a finite number of times. This ensures thdt ga@ation terminates after
a finite number of steps.

Assume that we have found a partial p&h,; from S to a nodeA in the i-layer and
we explore inputy € A, with the goal of extending the patAx.; to thei + 1-layer. Let
U = {(x,y;)} denote the set oK used edges in thelayer cut,U, andU, denote the set of
used inputs and outputs respectively, andly, Uy) be theK x K full rank transformation
matrix associated wittJ. We describe the steps we take to explore a specific inputen th

following. We illustrate these steps through a number ofimgxas in Section III-C.

Steps in exploring inputj>xat node A
1) If x € Uy, i.e., x is already used by a path, do nothing. Note that although #ode
will be marked as exploredM(A) = T), this particularx; € A will not be marked
(M(x%) = F will remain).
2) If x ¢ Uy, i.e., X is not used, then for eadh), such that the channek(y;) exists, we
distinguish two cases.

a) yj ¢ Uy, i.e.,y;j is not used. Consider th&¢1)x (K +1) matrix T ({Uy, X}, {Uy, Y;})
associated with the used edges and the new exigg)( We again consider two
cases.

i) If the matrix T({Uy, %}, {Uy, y;}) is not full rank, do nothing.
ii) If the matrix T({Uy, X}, {Uy,Y;}) is full rank, use edgexy;) to go to node

10



A(y;). If this node has not been visited before, we attempt toicaatfrom
nodeA(y;) by calling the functionEa(G, P, M, A(Y;)).

Additionally, for eachy, € Uy, with A(yk) = A(y;), perform what we call the
¢-function. The idea is that, in this case there exists a patim fthe source
to the destination identified during a previous iteratioat tjoes through node
A(y;). This path uses an edgr(yx) € U to reach nodé\(y;). We can then use
our newly identified partial path that uses the edgey() to reach from the
source the nodé\(y;), and “connect” this new partial path with the existing
partial path fromA(y;) to destination. Thus, we have the opportunity to again
perform rewirings and visit new nodes.

More precisely, thes-function performs the following. Remove from the ma-
trix T({Uy, X}, {Uy,yj}) the column corresponding t@ with A(yi) = A(y;).
Let

C = T({Ux %}, {Uy, v} — (W}

denote the resultingK( + 1) x K matrix. Consider each of th& square
submatrices o€ resulting by deleting each of the firktrows. LetC,, denote

the submatrix resulting from deleting romy, i.e.,

Cm = T({Ux, X} = {Xm}, {Uy, Yj} = {¥&})-

If Cy,is not full rank, do nothing. If it is full rank, perform a rewmg of the

existing K paths usingC,,. If A(Xn) is not marked as visited, explo’X,,).

If A(Xy) is marked as visited, then explore inpyt even if it is marked. Note

that theg-function may be executed at most as many times as the nunhber o

outputs in that layer, and thus when it is executed, at rKoatready visited

inputs might be revisited. ExampleE P-4 illustrate the usthe ¢ function.

b) y; € Uy, i.e.,y; is used. We can then not immediately use the chamqgy;],

unless we perform some rewiring. This rewiring is capturgdwdhat we call
the Ly-function. This function will be executed at most once foemvinput. To
ensure that, we keep in the algorithm for each input an indiceariable ML
with values(T, F}.

The Ly-function operates as follows. Consider the extended fioams&tion matrix

11



T({Uy, %}, Uy). DefinelL, < Uy to be the smallest subset bk, of size|Ly| =

s < K, such that the matriX ({Ly, X}, Uy) has ranks. Using propositiori_]2 this
set can be identified in polynomial time. Proposition 3 psotleat removing any
one of the rows off ({Ly, X}, Uy) still results in a full rank matrix. Equivalently,
removing any row ofT (U, Uy) corresponding to & € Ly, and substituting it
with the row corresponding t&, results in a full rank matrix, that can be used to
rewire the paths identified in the previous iterations. Tibatising Propositiohl1,
we can use the row(x;, Uy) to substitute any of the already employ&ek, U,),

Xk € Ly that are LD withx row, while still maintaining the same number of paths
as identified from the previous iterations. We will then bk Veith a partial path
arriving at the nodeéA(xy), and we can attempt to use any of the availatdein

this node to proceed. We now distinguish to subcases:

i) A(x) is already marked as explored. In this case we will not \tsg node
again. However, we will explore inpu, although this input might have been
explored before. Note that, at each execution of lthdunction, at mostK
inputs will be re-examined.

i) A(x) is not marked, i.e., during this iteration we visit this eofbr the first
time. Then the algorithm explores this node. Additionaifythere exists a
path identified during a previous iteration that utilizet tfee previous layer)
an outputy’ at nodeA(xc) we will execute on this node thg-function that

we described previously.

Exampled1l andl4 illustrate the use of thefunction.

The previous steps are the main ingredients of two recuffsiwetions E5 and Ex that

implement our proposed algorithm and are summarized ineThbThe first function,E,,

checks if we can continue from a current inputo reach the destination by a sequence of

channels which are linearly independent to the previoustified paths. The input of this

function is the network, a family of identified paths and atig visited nodes and current

input. It returns true if there is a sequence of channels With described properties and

returns false, otherwise. The second functi&pn, does a similar job as the first function

except that it works for the current node instead of the aciirolhannel. So, as one might

guess, this function, essentially, calls the first function all of its inputs and if none of

them returns true, it also returns false. We illustrate figer&thm steps through a number of

12



examples in Sectiop I-C.

Three Propositions Used in the Algorithm

We here provide some useful propositions that were used firalgorithm. The first is a
known property([9], that allows to “match” inputs and outptitrough LI channels, and that
that we repeat for completeness.

Proposition 1: If the K x K binary matrix T(Uy, Uy) is full rank, then there exisK LI
edges withx € U, andy € U,

Proof: Since T(Uy, Uy) is full rank matrix, it has nonzero determinant. Now if we
expand the determinant using the sum of product- expansienshould have at least one
non-zero product and this product corresponds to a perfatthimg in the bipartite graph
with adjacency matrix (Uy, Uy). [ |

Proposition 2: Let T(Uy, Uy) be a full rankK x K matrix andx; = T(x,Uy) a vector
in its span. Then, we can find the smalldsf € Uy of size s = [Ly| < K such that
rank(T ({Lx, X}, Uy)) = rank(T (Ly, Uy)) = s using O(K*®) operations.

Proof: Since the matrixA = T(Uy, Uy) is full rank, there exists a unique vectoisuch
that x; = cA. Solve these equations to firm L, are the indices corresponding to nonzero
values inc. [ |

Proposition 3: Let L, be the smallest subset0f, |Ly| = s, such that rank{({Ly, %}, Uy}) =
rank(T (L, Uy)) = s. Then for eachx; € L, rank(T({Ly — X;, Xi}, Uy}) = s.

Proof: Consider the vectors; = T(Xx;, Uy). From minimality ofL,, x; = DjeL,, iXj with
a; # 0, otherwise, we could have found a smaller set to replagcerhus, for anyx € Ly,

Xi = BiX + Z BiX;
xjely,  j#k

for some nonzero cdicientsp’s over the finite field. Since the vecto(s;} with x; € Ly
are LI, and since giverx; and all otherx; apartx, we can still retrievex,, the matrix
T({Lx — xj, X}, Uy}) has full rank. [ |

C. Examples

Example 1: Exploring an input and the,dfunction. Consider the layer cut in the left

Fig.[4 and assume that, during iterations 1 and 2, we havdifiéeinthe two LI pathsP;
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Fig. 4. Assume that bold depict edges in pafg P, identified through previous iterations. At iteration 3 a
partial pathP; arrives at nodé\s, and we explore the edgas(yi1). We perform rewiring using the, function.
Left: marked nodes and paths before thefunction. Middle: marked nodes and paths when substituting
with xs. Right: marked nodes and paths when substitukinigvith xs.

and %, that use the bold edges in the figure. Thus,

Y1 Y3
1 1].
0 1

In iteration 3, assume that we reach n@deWe mark this node as visited, and examine the

U = {(X37 yl)’ (X4’ y3)}? UX = {X3’ X4}’ Uy = {Yl, y3}’ T(UX’ Uy) = X3
Xa

channel inpuks. There are three possible edges we need to exgdloegy:), (Xs,Ya), (Xs,VYs)}-

« We first examine the edges y,). This is depicted in the left Figl4. Singe € U,, we

are at step (2 b) of the algorithm. We thus consider the matrix

Y1 Y3
X3 11
T({UX? X5}’ Uy) = s
X4 01
X5 10

and find the set,, = {x3, X4}.

We can attempt to substitute each of the L, with Xs.

— If we substitutexs, we markA, and find another matching(xs, y1), (X4, ¥3)}. This
is depicted in the middle Fid. 4. Since it is the first time wsitvhode A,, and
since there is path arriving at it, we will perform tigefunction at this node. We
will not describe these steps here, see for such a case exBidipMWe then call
E(G,P, M, Ay). Assume this function returng, i.e., fails to find a path to the

destination. We restore the original path matching andicoat

14



A g oA e g A
K he K He K R
P e O e
N T el
—— R [ - R [ I

Fig. 5. Continuing from the example in Figl 4. Failing to use the e@igey;), we will next explore the edges
(Xs,Ya), and s, ys). Left: marked nodes and paths. Middle: marked nodes artspahhen exploring the edge
(%s, y4). Right: marked nodes and paths when exploring the eggesd.

— If we substitutex,: We markAz and find another matching(xs, y1), (Xs, y3)}. This
is depicted in the right Fid.14. We again perform thdunction at nodeAs, bit
described in this example. We then c&(G, £, M, As). Again assume it fails to

find a path to the destination. We restore the original pattciag and continue.

. We proceed with Xs,ys), as depicted in the middle Figl 5. Singe¢ Uy, we examine

the rank of the matrix

Yi Y3 Va
X: 1 10
T({Ue X5}, (Uyyal) =
X4 011
X5 1 0 1

Because ranR{({Uy, Xs}, {Uy, ya})) = rank(T(Uy, U,)) = 2 we are at step (2 a—i) of
the algorithm, and we do not need to take any actions.

. Finally, for the edge Xs, y5), with ys ¢ Uy, we examine the rank of the matrix

Y1 Y3 ¥s
X 110
T(Uw Xsh (U ysl) =
X4 011
X5 0 01

Since ranK{ ({Uy, Xs}, {Uy, ¥s})) = rank(T (Ux, Uy)) + 1 = 3, we are at step (2a—ii) of
the algorithm, and we can use the edgg ¥s) in the path?;. We thus mark nod®,
as visited and continue from there.

That is, we updaté, and we call the functioie(G, P, M, B,). Note that since”; and
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Fig. 6. Continuing from the example in Figsl 4 ahd 5.

P, do not use nodd,, we will not perform thep-function at this node. This is depicted
in right Fig.[5.

We next provide two examples for thgefunction.

Example 2: First example fap-function.

Continuing the previous example, assume that we have failédd a path when exploring
A,. Suppose that the algorithm continues and suppose thatighrsome dierent path, we
reach and mark noda,, as depicted in the left Fi¢l 6 (we maintain the marked noda® f
the previous algorithm steps during this iteration). Wel wdw explore inputs¢; and Xs.

Assume we start by edgex(y,). We can use this edge to reach and mBykas depicted
in the middle Fig.[B. Since this is the first time we visit noBg we will perform the

¢-function.

Y1 VY3
X3 11
T(Ux U {X2}, Uy U {ya} = {y1}) = T({X2, X3, Xa}, {Y2, Ya}) =
X4 01
X5 01

Consider the transfer matrix where we remove the ougpuand use the inputs, Xs, X}
and the output$y,, ys}. Both submatrice3 ({Xo, X3}, {Y2, V3, }) and T ({x2, Xa}, {Y>, ¥3, }) are full
rank, and thus we can explore inpuisand x; respectively. We will here describe the steps
when selecting the submatrix({ Xz, Xs}, {Y2, ¥, }.

We find a matching foil ({x,, X3}, {Y, 3, }, as depicted in the right Fig] 6, and proceed to

examine inputx,. Note that since nodés = A(Xy) is already marked, we do not need to
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explore it again. We observe that we can use the edgeg,), and thus we mark nodBs
and we can further proceed from there. m|
Example 3: Second example fgrfunction. Consider the layer cut in Fig. 7. Assume

during the first three iterations we have identified the pdtscted with bold edges, that is,

Yyi Y2 Y3
X1 110
U = {(X:L’ yl)9 (X3a y3)a (X4, y4)}’ UX = {X]., X35 X4}9 Uy = {y].’ y3a y4}a T(UXa Uy) =
X2 111
X3 011

During iteration 4, we attempt to use edge, (). Since nodeB; has not been used before,

we perform thep-function. We thus consider the matrix

Y2 Y3 Ya

X1 110

T({X1, X2, Xa, Xa}, {Y2,Y3.¥a) = % |1 0 0
X3 011

Xa 011

which has the full rank submatrices({Xy, X, X}, {Y2, Y3, Y4}) and T ({Xq, X2, Xa}, {Y2, V3, Ya})-
Using theT ({x1, X0, X3}, {Y2, Y3, Y4}) and the matching depicted in the middle Hi§j. 7, we can
visit node Az and explore inpuk,. Note that sinceéd; has not been visited before, we need
perform theg-function on the node\; itself.

If instead we start by utilizing the submatrik({x;, X, Xa}, {Y2, V3, ¥4}) and the matching
depicted in the right Fid.17, we visit nod&. Again, sinceA, has not been visited before,

we need perform the-function on the nodé\, as well. m|
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Fig. 8. Path%; identified during the first iteration is depicted in bold. g the second iteration, path,
reached nodd;.

The next example illustrates how the algorithm runs andoper$ rewirings across several
layers.

Example 4: Example of rewiring across layef3onsider the network depicted in Fig. 8
and assume that the first iteration identified the gath= {(X,Y2), (X3, V¥s), Xs, Yo)}. During
the second iteration, path, reaches and marks nodg, as depicted in Fid.18. Assume that

the algorithm then explores the edge, ;) and performs thé., function. In this case we

have that
)i
T((Xa, X5}, {Ya}) = x4 1], andLy = {X}
X5 1

We thus visit nodeA, = A(x4). Since it is the first time we visit this node, we perform the

¢-function at nodeA,. That is, at the first layer, where we now have

Y2 VY3
U ={(X1,¥2), (X2, ¥3)},  Ux ={Xs, %o}, Uy = {yo,¥3}, T(Ux,Uy) = x; 11
X2 01

we no longer need to use the outpyt and thus can explore inputg and x,. From X,
we cannot proceed. Fromy we can use the edgey(y:) and reach nodé,; as depicted in

Fig.[S. We do not need perform tlgefunction atA; as there is no additional path using this
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Fig. 9. Continuing from Fig[B. Resulting configuration after penfing theL, function for edge Xs, y4) and
the ¢-function at node?,. The potential patP, now reaches nodA;.

node. We proceed to explore the edge ¥4) and perform the_, function for xs.
Given that

Ya
T({Xz, X5}, {Ya)) = x5 1], andLy ={xs},
X5 1

we proceed to re-examing. Because

Y4 Y5
T({X3, X5}, {Ya, ¥5}) = x5 10
X5 11

we can now use this edge and proceed to nBgleFrom nodeB, we can use edgex{, y7)
to reach the destination and complete p&th

Note that this is the second time during this iteration thatexamine edgex{, ys). The
first time we could not use this edge, due to LD with the usededrgy,). However, after
the rewiring, the used edge in this layer became instgad.), which is LI from (s, ys).

mi

Example 5: Operations over a non-binary fie@onsider the network depicted in Fig.] 11,

which is similar to the network in Fig.] 2, only now there is eefixcodficient associated with

each edge oveF,. We assume that all these ¢beents equal 1, apart from the dheient
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Fig. 10. Continuing from Fig[P. Resulting configuration after peming theL function for edge Xs, y4), and
continuing®, from nodeAs; to nodeB, andD.

Fig. 11. An example of a nonbinary linear deterministic network. lE@acge is associated with a ¢heient
overF4. All these cofficients equal 1, apart from the deient associated with the edge;(y;) that equals 2.

associated with the edgeu(y;) that equals 2. Operations are now over the field For
exampley; = 2X4 + Xa.

Assume that the first iteration identified the p&h = {(X2, ¥2), (Xs,Ys), (Xs,Yo)}. During
the second iteration, assume that we use at the first layesdipe &, y3), and arrive at layer

2. At this layer,Uy = {x3} andUy = {ys}. To use edgex, y;), we examine whether the matrix

Yo Y7
T({X3’ X4}’ {YG, Y7}) = X3 11
X4 12
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Fig. 12. A layer-cut and (a) the traditional approach where interfiee is treated as noise, (b) the approach
where interference is allowed.

is full rank overF,. As indeed it is, we can reach no@g, and from there using edgeg(ys)
complete®,. Note that in the binary example in Fig. 2, we could only idgnone path.o

We conclude with an example that shows the benefits of ndirigeaterference as noise.

Example 6: Benefits from constructive use of interferefibe.traditional approach adopted
today in wireless networks is that if one or more transmittigghals interfere with a received
signal, they are treated as noise. Such interference igdedoihrough scheduling. This
approach can lead to significant loss of capacity. Considestaork that has the layer-cut
depicted in Fig[LI2. Fid.12(a) depicts the traditional solu treating interference as noise
implies that we cannot simultaneously have two broadcasisiissions that interfere, and
thus we can have at most one broadcast transmissiorl._Fig). digws that, if interference is
allowed, we can in fact use four LI edges through this cut é&ka@mple is easily generalized

to N nodes leading t@®(N) benefits). Indeed, the transfer matrix associated with ¢,

T({X1, X2, X3, Xa}, {Y1, Y2, Y3, Ya}) =

1
1
1
1

11
11
01
00

o O O Bk

has rank four. This matrix coincides with the transformatioatrix of the highlighted edges.

O

D. Main Result

Our main result is the following theorem.
Theorem 1:The unicast algorithm identifie€ LI paths, whereC is the min-cut value

between the source-destination pair in a linear detertigrietwork.
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In particular, the number of the paths identified by the atbor equals the rank of the
transfer matrix between the inputsV¥a and the outputs iV,, whereV; are the marked and
V, are the unmarked nodes when the algorithm stops.

Proof: Based on the algorithm, it is clear that when the algorithapst the provided
output is a set of linearly independent source-destingteths®.

Let K denote the number of these paths; this implies that the ithgorstops, i.e., fails
to find an additional path, during iteratidd + 1. SinceK can never exceed the rank of a
source-destination cut, i.&K < C, it suffices to find a cut whose capacity is not bigger than
the number of paths identified by our algorithm. N\ét be the set of all marked (visited)
vertices and/, be the other vertices during iteratiét+ 1, when the algorithm stops. Clearly,
(V1, V) is a source destination cut.

Consider now the matriX (Vy, V,), where, by a slight abuse of notation, the set of rows of
this matrix correspond to the inpuksin V; and the set of columns to the outpyts nodes
in V, respectively. By appropriate ordering of these inputs antputs we can bring the
transfer matrix in to a block diagonal form, in which everypdtk corresponds to a layer of
the network. More precisely, WV, (W) is the set of visited (unvisited) nodes in thth layer
thenT(V1, V,) can be regarded as a block diagonal matrix whieseblock is T(W, W, ,).
For clarity we have collected all the notation we use in thisop in Table[Ill-D.

We will show in Lemmd. Il that for every integer<li < A it holds that,

rank(T (W, W, )) < "

He=w € E(G)lve W,V e W,,,ec U}| - [{fe=w € E(G)lve W,V € W,;,ee U}
where recall that we denote hy the set of used edges by pathsfimat layeri. That is, if
e e U, then it belongs in some path i.e., e € ; (and more generallg belongs in the set

of all used edges in the graph, i.e.€ ). Also, from the structure of the layer network, the
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total number of paths equals the number of used edges in ageh hamely|U| = K. Now

rank(T (Vz, V2))

@ Z rank(T (W, W/, ,))
i=1
(2)

(b) .. . . . . .
< [{e = w|v is visited butV' is not visitede € P}| — |{e = vw|v is not visited but

V' is visited e € P}|

9k

Equality @) holds from the fact that the rank of any block diagonal nxaisi the sum of
the rank of its blocks. Inequalityb] follows directly from Lemmadll that will prove in the
following. Finally, equality €) holds because for each source-destination @atthe “used”
edges byP; contribute exactly one in the fiierence, that is,
l{e = w|v is visited butVv' is not visitede € P;}|—
3)
— [{e = w|v is not visited butv' is visitedee ;}| = 1
Indeed, given a cutM;, V), with S € V; andD € V,, for £; to connectS to D, it must cross
at least one time fronv; to V,. If it crossesm > 1 times fromV; to Vs, then it also has to
crossm-1 times fromV, to V;. [ |
Lemma 1:For every integer X i < A it holds that,
rank(T (Wi, Wi, 1)) <

(4)
He=w e E(G)ve W,V e W, ,,ec U}|-l{fe=w € E(G)lve W,V € W,1,eec U}

i+1°
Proof: Fix an integer 1< i < A. Recall that we denote by the set of used channels

in this layer (dropping the index for simplicity), Uy their inputs andU, their outputs.
Additionally, let Ugy be the set of all the inputs of the nodes\W and Ug, be the set
of all the visited inputs in the current layer which appearsome identified path. That is,
Uz, = UesxN U,. Let Ugy be the set of all the outputs that are in the 1-st layer and are
not visited andJg, be those outputs digy which appear on some identified path (i.e., used
outputs). That islg, = Ugy N Uy. The notation is summarized in Taljle TTI-D.

We are interested in calculating the rank of the mafr(\i, W' ,) = T(Ugx, Ugy). Note
that we can split the columns df(Ugy, Ugy) into two parts, one corresponding to the used

and unmarked outputs, i.elg , and the other corresponding to the unused and unmarked
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outputs,Ugy—Ug,. Similarly, we can split the rows again into two parts, ongresponding to

the used and marked inputdg,, and the other to the unused and marked ingugs,— Ug,.
Our proof proceeds as follows. Lemmids 3 and 4 prove that allrtkvs of T(Ugy, Ugy)

that belong to the second part (U — Ug, ) are in the span of the rows corresponding to

the inputs in the first part (iJg,). As a result,

rankT (Ugy, Ugy) = rankT (Ug,, Ugy). (5)
Lemmalb builds on this result to prove that

rankT (Ugyx, Ugy) = [Ug,d — (IUyl — [Ug,)). (6)

Showing that[(B) holds is the main technical part of this firddow we distinguish three
cases for each edge= (x,y) € U:
1) xe Ug, andy ¢ {Uy — Ug }: the edge contributes value “one” only fidg, |,
2) x¢ Ug, andy € {Uy — Ug }: the edge contributes value “one” only ifJ(| — [Ug,))
3) x e Ug, andy € {Uy—Ug,}: then the edge contributes value “one” bothlif,| and in
(IUyl = |U’By|) and thus does notfiect the quantityUg,| — (JUy| — |Ugy|).
Thus

Ugxd — (IUyl = |Ugyl) =
le=vw € E(G)IVe Ug,,V € Ug,ec U}l - [{e= W € E(G)lv ¢ Ug,,V € Ugy, e € U}|
=lle=w e E(G)lve W,V e W,;,ec U}| - [{e=w € E(G)lve W,V € W,3,e€ U}

and our proof is concluded. [ |
Before we continue, we need to introduce some additionadtioot.
When iterationK + 1 starts, at the layer we are examining, we have identifiech ftioe
previous iterations a set of used eddéswith corresponding set of inputs and outputg
and Uy respectively. As the algorithm attempts to find tke- 1 path, it may perform some
rewirings inside this layer (due to consecutive executimmsexample of severdl, and ¢-
functions). Thus, when input gets marked and starts to be explored by the algorithm, this
input might perceive as used afféirent set of edges than. We will denote byR® the set
of edges that inpux; perceives as used (by tiepaths), andk?, R the corresponding sets
of used inputs and outputs. Note that, while all the edgesheatiang fromx; are examined,

for all of them the algorithm will assume the same set of usigesR®.
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Now, from assumption, the iteratidd+ 1 fails to find a path fron® to D. Thus, although
several rewirings might be attempted, because iter&ierl fails, when the algorithm stops
we have reverted to the original ddt

Lemma 2:For all x; € Ugy, — Ug, it holds that
rankT ({RY, x}, {RY), Ugy — Ug}) = rankT (RY, (RY), Ugy — Ug, )
In particular, there exists a minimal set of rowg ¢ RY such that
rank(T ({Ly., %}, {RY, Ugy — Ug,})) = rank(T (L. {RY, Ug, — Ug,})). (7)

Proof: For this proof only we also use the following notation. Assuimat rank{ ({R©, x}, Z)) =
rank(T (R®, Z)) for some set of columnZ. Define Ly (Z) to be the smallest subset &

that containsg in its span, i.e.,
rank(T ({Lx (2). %}, 2)) = rank(T (Lx (), 2)).

We will use for abbreviatior, = Ly (RY).
Decompose the column indices of the maffigR?, {R{’, Ug, — U }) in the following 4
nonoverlaping partsRY, W, W, Wq]. Here
o R contains all the useg's,
e W, contains ally; such that the edges(y;) exist but cannot be used due to LD,
¢ W, contains all the remaining, € Wg, that have at least one nonzero value in each column
(i.e., the set of aly columns where at least one edge, {i) with X € L, (Wgy) exists, but
X has zero value), and

e Wy contains all zero columns (this is the set y§ associated withx's not in the set
{LXi (WBy), Xl }) .

We underline that the set of columblg,—U; = {W;, W, Wy} is the set of unmarked

By —
unused outputat the endof the iterationK + 1, and is the same independently of the set
of outputs inRY). Note that, becausg{’ can contain either outputs that belongUl (that
thus are used) ayio outputs obtained through the execution of ghkunction (and thus are
marked), has by definition zero overlap with the Bef, — U, which contains outputs that

are both unmarked and not used.
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To prove the lemma, it is shicient to prove that the following equation holds.

Ly = Lo (RO) € Lo (1RO, Wy))
® 0 © 0 (8)
L (IR, W) = Ly (IR, Wol).

(@ : To prove @) we need to show that, (R{) = L, (R}, W), that is,
rank(T ({Ly,, %}, (RY), Wi})) = rank(T (L, {RY, W4})).

Since the matrixT(RY, RY) is full rank, the rowT(x,R{") belongs in the span of this

matrix, and thus there exist nonzero flagents{a;} in Fq such that

TGRD) = > T, RY). 9)
xj €Ly (RY)

Note that for eacly; € W;, there also exist nonzero déeients{gj} in Fq such that
rank(T ((RY, x}, (R, y;}) = rank T (RY, {RD, y;}) (10)

otherwise the nodA(y;) would have been visited and marked ane W;. ThusT(x;, {R(') W.})
belongs in the span oF(RY, {RY), W4}), and

TOGIRD W) = > BiT(xi, (R, Way). (11
xjeLy (RY,Wh)
Expurgating from both sides of (11) the columns\M results in an equation that still
holds for the expurgated vectors and has only columns quonekng toRS). From LI of all
vectorsT(x, RY), x € RY, none of these expurgated vectors is identically zero. beg
from minimality of L, (RS)) the expansion (9) is unique. We thus conclude that 8; and
Ly = Le(RD) = L (RD, Wh).

(b) :  We will now argue thatL(RY) = L, (R, W_}). Consider a specifigy € W, that
has a nonzero value in a row € L. That is, there exists an edge(yk) with x € L, and
Yk € WL.

During the algorithm, we will at some point “releasg from the set of used edges and
replace it withx,. We will then attempt to explore,, assuming the set of used edges.
Note thatx, might have already been explored before using fiedint set of used edges
R®. However, our algorithm will for eacl; explore all inputs in the sdt,, usingR® again,

even though these might have been explored before.
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If the matrix T(RY, x}, {RD, yi)) is full rank, then the node\(yi) will be visited and
yk ¢ Ug, Which is a contradiction. Thus the matr&({R{, x}, {RY, yi}) is not full rank.

Consider then the set, ((R{, yi}). Applying a similar argument as ira), we have that

TGRD) = ) o TOGRD) (12)
xj €Ly (RY)
and
TOGIRD YD) = DL BITOWIRD, yid). (13)
Xj €Ly (R i)

Expurgating the column corresponding yp we conclude thal, (R U {yi}) = Ly (R)).
Repeating for ally, € W, concludes lf).

(c): Clearly it also holds that
rank(T ({Lx, %}, RY)) = rank(T (Ly, (R}, Wo})),

which concludes the proof of this lemma. [ |

Lemma 3:For eachx € Ugy — U%,, the vectorT (x;, {14, Ugy — Ug,)) belongs in the span
of the matrixT(Ug,. (U, Us, — U }), where () denotes the set of unmarked outputs in
the setU,.

Proof: Note that all unmarked outputs by, are included iR, and thus2/{’ ¢ R{’nu,.

Order the inputsx € Ugy — Ug, according to the order with which they are for the first
time visited. That isx; is the first unused input that is explored inside lay@and during
iterationK + 1, x, the second one, etc. We will prove our claim through indurctio
Induction Step 1Whenxy, the first input, gets visited, clearig® = U, and(LI§1) = Uy since
to perform a rewiring using a new output, we need to have djrezplored at least one
input. From lemmal2 we know that the vectdfx,, {Uy, Ugy — Ug,}) belongs in the span of
the matrixT(Uy, {Uy, UBy—Uéy}) and in particular from[{7) belongs in the span of the matrix
T(Ly,{Uy,Ugy — U’By}).

It is then sdficient to prove that the inputs in,, belong in marked nodes, i.d.,, € Ug,.
But this holds, because of the algorithm steps when we wisiln particular, whenx; is

explored, all nodes witlx € L,, are visited, marked, and explored assuming the set of used
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edgesU. ThusL,, ¢ Ug,, and
rank(r({U,Bx’ Xl}, {Uy, UBy - U,By}) = rank(r(U,Bx’ {Uy, UBy - U,By}) (14)

Induction Step kAAssume that for ki < k T(>q,{(L{§i), Uy — Ug,}) belongs in the span of
the matrixT(Up,. (U, Us, — U ).
Induction Step k1: From lemmaR2, we know that the vectdi(x, (R}, Ug, — Ug, )
belongs in the span of the matri(R{*?, (R, Ug, — U }), and in particular in the span
of the matrixT(L{™, {RJ*™, U, — U }), whereL{*? ¢ R{*. Removing the columns that
are not in4y’, we get that the rowT (X1, (U, Ug, — Ug,) is in the span of the rows
T(L&k”),{(ug), Ugy — Uéy}). Now, all x € L& are visited and marked during the algorithm.
For each suct, if x € Uy, thenx will appear inUy,. If on the other hand € R¥*? but
X ¢ Uy, thenx is one of{x, ..., xJ sinceR¥*Y can only difer from U, on marked inputs.
From induction, for each € {x, ..., %} the row vectorT (x, {14}, Ugy — Ug,)) belongs in
the span of the matris¥ (Ug,. (T4’ N Uy, Ug, — Ug }). Moreover, U™ ¢ U, i < k+ 1,
since, if some outputs are unmarked during iteratos 1, they also are unmarked during
the previous iterations. This concludes this proof. [ |
Lemma 4:In the matrix T(Ugy, Ugy) €ach row corresponding to unused marked inputs,

l.e., X € Ugx — Ug,, is in the span of the rows corresponding to inputsUify, and thus
rankT (Ugy, Ugy) = rankT (Ug,, Ugy).

Proof: From LemmaB, for eack € Ug,—U},, we know that the row vectdr(x, (14", Ug,~
Ug,)) belongs in the span of the matri(Uy,. (14, Usy — Up ). That is,

T(x, AUP, Uy = Up ) = >~ @ T(x, (U, Usy — Up ) (15)
xjeUg,
for somea; € Fq. Next, note thatly is a subset ofu’ for eachi. This is because, at each
rewiring, fLIS) can dtter from Uy only on markedoutputs. ButUg, is the set of used and
unmarkedoutputs, and thusJg, C (Llf,i). Removing some columns from both sides [of] (15)
we get that

T(XI’ UBy) = T(Xi’{U’By’UBy_U’By}) = Z aJT(X]’{U’By’UBy_U’By}) = Z alJT(Xj’ UBy)

f ’ . ’
XjeUg, XjeUg,

and the claim follows. [

28



Lemma 5:The rank of the matrixT (Ugy, Ug,) can be upper bounded as
rankT (Ug,, Ugy) < [Ugyl — (IUyl — |Ugyl).

Proof: Consider the matribA = T(Ug,, {Uy, Ugy — Ug}). This matrix has less rows
than T(Ugy, Ug,) as it does not contain the rows W, — Ug,, and has more columns than
T(Ugx Ugy) as it contains the additional columns corresponding todbgputsU, — Ug,.
The idea in this proof is to gradually change matAx by sequentially adding rows and
by removing columns, until we create the matfifUgy, Ugy), taking into account how each
operation &ects the rank.

Order the marked outputs W, i.e., the outputs itJy—Ug that we need remove, according
to the time they got marked, i.ey; is the output that got marked first when nody,) is
visited, y, the one that got marked second, etc. Now, assume that atntieewthen output
y; is visited, j; unused inputs (not itJ,) have already been visited and marked (note that
ji =1, if j; =0 it is not possible to marl). In general, when outpuy is visited, we will
have thatjy inputs inUgy— Ug, are marked, withj; < j, < j3... < j_ andL = |Ugy — [Ug,l.

Our starting point is that the matridA has rank|Ug |, i.e., all its rows are linearly
independent. Indeed, since tliex K matrix T(Uy, Uy) is full rank andUg, € Uy, the
rows T(Ug,, Uy) are LI, and as a result so are the roWdJ;,, {Uy, Ugy — Ug }).

We are going to perfornt. = |U,| — |Ug | steps, creating a sequence of matripks = A,
Aq,...,A.} where at stefk, k=1,...L, we first add to matriXd,_; the rows{x;, ,.1 ... X}
and then we remove the outpytin (U, - Uéy) to create the matriAy.

Step 1: Removing output.y
Let RUY be the set of perceived used edges wieis marked. Since this is the first time
an output inU, is marked and the function is executedR!) = Uy, for all j < j;.

We know from lemmal3 that the rowl&(x;, {Uy, Ugy—Ug }), 1< i < j; belong in the span
of the matrixT (Ug,, {Uy, Ugy— Ug,}). Thus adding these rows to mat#xdoes not increase
its rank.

From lemmdB, there exist a set of rodgy;) with S(y;) € {R{Y, x4, . .., Xj,} such that,
removing the columiy; drops the rank of the matriX(S(y.), {Ryl), Ugy — Ug,}) from |S(y1)|
to |S(y,)|—1. In other words, the columni(S(y1), Y1) is LI from all the columns of the matrix

T(S(), (R = 1, Ugy = Ug ).
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Notice that when the nodA(y;) gets visited during iteratioik + 1, we will execute the
¢-function for outputy;. As a result, all the nodes with inputs 8(y,) will be visited and
marked by the algorithm during iteratidQ+ 1. Thus we know thaB(y:) c {Ug,. X1, . . ., Xj,},
that is, they form part of the set of marked inputs by the atgor.

Since the “partial” colummT (S(y1), y1) is LI from the columns in the matriX (S(y1), {Uy -
y1. Ugy — Ug }), it follows immediately that the columi ({Ug,, X1, ... X} y1) is LI from
the columns in the matrig ({Ug, Xa. . . . Xj,}, {RIY — y3, Uy — Ug,}). Thus if we drop the
columny; from the matrix T({Ug,, X1, ... X;,}, {Uy, Ugy — U’By}) the resulting matrixA,; =
T({Ugy X1, - - - Xjp ) {R§,jl) — Y1, Uy — Ug}) has rankUg | - 1

Step k: Removing outpug.y

We start from the matridd,_; = T{Ug,, X1, ... Xj_, }» {R§,jl) —Y1—...— Y1, Ugy — U’By}) that
has rank|Ug,| - (k — 1). From lemmd3 the rowsS (x;, {Uy — y1 — ... = Y1, Ugy — U }),
jker < ] < jk belong in the span of the matrik(Ug,, {Uy — Y1 — ... — Yk-1, Usy — Ug }). Thus

adding these rows to matrik,_, does not increase its rank.

On the other hand, from lemma 6 there exists a set of LI rB{g) C (RU xq, ... Xjy 1}
such that removing the colump from the matrixT (S(y«), {Ryk), Uy — Ug,}) drops the rank
of this matrix from|S(yx)| to |S(yk)| — 1. In other words, the columm(S(yk), y«) is LI from
all the columns of the matriX (S(yk), {R§,jk)—yk, Ugy—Ug,}). But R§,jk) contains all the outputs
in Uy —y1 —... — Y1, and thus the columit (S(y), y«) does not belong in the span of the
columnsT(S(yk), {Uy = y1 — ... — k-1, Ugy — Uéy}).

Similar to before because thifunction will be executed ayy, all the inputs inS(yx)
are marked and(y,) ¢ {Ug,. X1,..., X J. It again follows immediately that the column
T({Ug X1, ... X}, Yi) is LI from the columns in the matriX ({Ug,, X1, . . . Xj,}, {R§,jl) )
=Y UBy—Uéy}). Thus if we drop the columy from the matrixT ({Ug,, X, . . . Xj, }, {Uy=Yy1—
o= Yie1s UBy—U’By}) the resulting matrid, = T({Ug,. X1, . .. Xj.}, {Ryl)—yl—. =Yk UBy—Uéy})
has rankUg | — k.

Final step.

At the end of this procedure, the matix = T({Ug,, X1, ... X, }, {R§,jl)—y1—. =Y, Ugy—Ug })

has rank/Ug,| — L and the required column sélgy,. Now to create the matriX (Ugx, Ugy)

we may need to add tA, some additional rows. From Lemrha 4 adding these rows cannot

increase the rank of the matrix as they belong in the spaf(of;,, Ugy). This completes

X

our proof. [ |
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Lemma 6:Let j denote the number of already marked inputs when outmeéts marked,
and IetRy) denote the preceived set of used outputs from previoustidtesat that time.
Then there exists a set of ro&y) in the set{fRY x, ..., Xj} such that

rankT (S(y), {RY, Uy — Ug,}) = IS(¥)I, while
: (16)
rankT (S(y), {RY - ¥, Usy — Ugy}) = IS()| -
That is, removing the columg drops the rank of the matrix by one, and makes the rows
S(y) LD.
Proof: Consider iteratiorK + 1 and layen. Assume that the node where an outpuih

U, belongs gets visited for the first time. This can happen in \weagys:

. Case 1:The nodeA(y) gets visited while we perform abx-function at layer + 1 (see
exampleg 3 anf]4). Note that sice we have arrived at layet, we have identified at
layeri an edge X,Yy’) that is LI from theK edges identified from previous iterations.

. Case 2:The nodeA(y) gets visited when we find an edge’,fy’) in layer i with
rankT ({RY, X1, {RY), ¥} = K + 1 (see examples 2 and 3).

The arguments in these two cases are very similar, and wethwera together. In both cases,
at layeri, we start with the K + 1) x (K + 1) full rank matrix T({RY, x'}, (R, y'}). When we
remove the columry clearly the resultingi + 1) x K matrix has some linearly dependent
rows. As a result, a subset of the rows becomes linearly dimgnDefineS(y) to be the set
of inputs in{RY, x} corresponding to theninimally linearly dependentows in the matrix

({R&’), X'}, {Ry) -V,¥'}), where by minimally linear dependent we mean that the vedto
the set are linear dependent but any proper subset of thentinealy independent set of
vectors. Note that the inputs B(y) are exactly the inputs that are going to be visited when
the algorithm performs theé-function for outputy, as, removing any of the rows i8(y)
from the matrixT({RY, X}, {RY —y,y'}) results in a full rankk x K submatrix.

Now, sinceT({RY, x}, {R{",y}) is a full rank matrix then there is no set of rows of this
matrix which are linearly dependent. In particular, the sawS(y) are linearly independent.
The matrix T(S(y), {Ry),y’, Ugy — Ugy}) contains the full rank submatriY(S(y),{R§,j),y})
and thus has also ranB(y)|. That is

rankT ({RY, X'}, {RP, y'}) = rankT (1R, X'}, (R, ¥, Ugy — Ugy}) = K + 1, and

_ _ (a7)
rankT(S(y)’ {Ry)’ )/}) = rankT(S(y)’ {Ry)’ Y7 UBy - UBy }) = |S(y)|
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Moreover, from construction,

rankT ({RY, X'}, {RY - y,y'}) = K, and

. (18)
rankT (S(y), {RY) - y,y'}) = IS(y)l - 1.
We will next argue that
rankT ({RY, X'}, {RY) -y, Y, Uy — Ugy}) = K, and
(19)

rankT (S(y), {R — .y, Ugy — Ugy}) = IS(Y)| - 1.

that is, adding the columns idg, — Ug, does not increase the rank.

Letyo be a column irJg,—Ugy, and consider the matrik({RY, X}, {RY -y, ¥, yo}). If this
square matrix has rark+1, then the rowd (S(y), {Ry)—y,y’,yo}) must be LI. Since the rows
T(S(y), {Ry) —-V,Yy'}) are LD, there exists rowg € S(y) with a nonzero value in the column
Yo. But when we run the-function, as we already mentioned, all inputsSfy) including X,
are visited and explored. Thus if tﬁ'e({RQ), X'}, {Ry) -V,Y, Yo}) were full rank, the outpuy,
would get marked and not appearllg, — Ug,. We conclude that for every, in Ugy— Ugy,
the columnT({R(Xj), X'}, ¥o}) belongs in the span of the columﬂi${7€§j), X'}, {Ry) -v,Y'}), and
thus, the matrixT({RQ), x’},{Ry) —V,Y,Ugy — Ugy}) has rankK.

Next note that, the rows in matriI(S(y),{Ry) —-V,y'}) do not belong in the span of
the LI rows T(RQ) — S(y),{R§,j) -VY,Y}). Let yp be a column inUgy, — Ugy. Clearly, the
rows T(S(y), {R@ -V,Y,Yo}) do not belong in the span of the LI rovTFs(RQ) - S(y), {Ry) —
Y, Y, Yo)). Thus, if the rowsT (S(y), {RY -y, ¥, yo}) were LI, the matrixT (RY, (R —y, v, yo})
would have rankK + 1, which is not possible from our previous argument. We amhelthat
rankT (S(y), {RY -y, ¥, U, — Ugy}) = IS(Y)| - 1. We have thus proved that

rankT (S(y), {R{, ¥, Uy — Ugy}) = [S(y)I, while

. (20)
rankT (S(), (R} — .Y, Usy = Ugy}) = IS(y)| - 1.
Removing the columiy’ from the last equation, we also get that
rankT (S(y), (R} ~ ¥, Uy — Ugy}) < IS(Y)| - 1. (21)

We now distiguish two cases:
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1) S(y) C RY i.e., the set of row$(y) does not contairx’. Then

since these rows are LI, and {20)-(22) implyl(16).
2) X € S'(y), we have two subscases:

a) if rankT (S(y), (R, Us, — Ugy}) = IS(y)|, this together with[{21) implieg(16).

b) if rankT (S(y), {R§,j), Ugy—Ugy}) = IS(Y)I-1, then given[(2D) the columyl does not
belong in the span of the colum(®{, Ug,—Usg,}. Similarly, again from[(20), the
columny does not belong in the span of the coluni®S’ —y,y’, Ug,— Ug, }. We
conclude that rafk(S(y), {RY -y, Ug,— Ugy }) = IS(y)|- 2, and thus rarik(S(y) -
X (R —y,Ugy - Ugy}) < IS(Y)| - 2. But rankT(S(y) - X, {R’, Uy — Ugy}) =
IS(y)| — 1. For the seS’(y) = S(y) — X, the claim in [16) follows.

E. Algorithm Complexity
Proposition 4: The complexity of the algorithm in Tablé | 8(C°(Otar + A ltotal)), Where

C is the capacity of the network, equal the total number of inputs a@, is the total
number of outputs in the network.

Proof: At iteration K, the complexity of the function “Find@)” is O(K?), “Match(T)”
is O(K?), to find which inputs to visit with the-function isO(K?), and the rank calculations
are O(K3). When we visit each input we will perform at maat rank calculations, where
A, is the maximum outdegree of an input. This results in comiple®(A,K3). Moreover,
we will perform the “FindL” function at most once for everypuat. Performing the “FindL’
function at theK iteration might result in at mosK inputs to be revisited. For each of
the revisited inputs, the associated complexity will@@\K?). Thus, the total complexity
when visiting each input i®(A K?%). These operations will be repeated at miggf times.
An upper bound forlyy, is |E|, whereE is the set of all edges in the network, but this
bound might be very loose, if the inputs have small outdegfeeconclude, examining the
inputs results in complexity of(A K*loa). When each output is marked, we will perform
exactly once thep-function. Thus, this function will be performed at most erfor every
output (if the output gets marked during the iteration), aodtributes complexit@(K*Oyal),

where (again, a loose upper bound Oy, is |E|). After C iterations the total complexity
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is O(C*(Orotal + A ltotar))- "

V. CoNcLUSIONS

In this paper we develop a polynomial time algorithm for @sicconnections that allow
to achieve the min-cut capacity in networks of linear detaistic channels over a finite
field Fq. Such networks have recently found applicability as apipnaxe models for wireless
Gaussian networks, by modeling broadcasting and interéeréhrough linear operations over
a finite field. Our scheme allows to identify the min-cut valnepolynomial time, and to
achieve this value using very simple one symbol mapping ajmers at the intermediate

network nodes.
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Algorithm [Il.1: set oF FUNCTIONS Ex AND Ey(.)

{(T,F)} = EA(G, P, M,A)
if M(A)==T return (F)

else

MA =T

U « {used edges i (A)-layer cut, Uy « {x e U}, Uy < {y; e U}, X « {x € A

vx € X, if xi¢ Uy and M(x) == F and Ex(G,P, M, x) == return (T)
return (F)

{(T, F)} = EXG, P, M, X)

if M(x) == return (F)
else
M) =T
vy, (%, y) € E
if ML(x) == F% (we perform this function only once per input)
ML(x) =T
Ly = FindL(T ({U, X}, Uy))
Vo X € Ly
MatCh(T({Lx - Xk’ XI}’ Ly))
Updatef)

Ty € U] it M(A) ==
Y Yk € A(Xk) performq&—function(yk) (see description following)
if Ea(G, P, M, A(X)) == return (T)
. | Set M(x) =F
else {'f M) == T{if ExG,P, M, x) ==T return (T)

RestoreP)

if rank(T({Ux, X}, {Uy, y;})) = 1+ rank(T (Uy, Uy))
if A(y;) == Destination return (T)
it M(Ay;)) == F
Yy € Uy with A(yi) == A(y;) and (X, y«) € U
VX € Uy
if T({Ux— X %}, {Uy — Vi, y;}) is full rank
Uy = {Uy - yk,yj}, Uy = {Ux — Xk Xi}
Updatef)
if y; ¢ Uy if M(A(%)) ==F
. Y ¥, € A(X) performe-functiony,)
¢ —functionfy - {if EA(G, P, M,A(%)) ==T return (T)
else
if M(x) ==
Set M(x) =F
if Ex(G,P, M, x) == return (T)
RestoreP)
if EA(G, P, M, A(y;)) =T return (T)

return (F)
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TABLE |
THE FUNCTIONS Ea(-) AND Ex(-) ARE EXECUTED BY THE ALGORITHM AT EACH EXPLORED NODE OR EDGE. THE FUNCTION
“M arcH(T)” FINDS A PERFECT MATCHING IN THE BIPARTITE GRAPH DEFINED BY MATRIX T AS DESCRIBED IN PROPOSITION 1.
THE FuNcTION “FINDL(T)” FINDS THE SMALLEST SET OF ROWS THAT ARE LD WITH THE LAST ROW OF T AS DESCRIBED IN
PROPOSITION [Z. THE FUNCTION “U PDATE(P)” KEEPS TRACK OF THE CURRENT WIRING OF IDENTIFIED PATHS (WHICH MAY
CHANGE EITHER BY THE EXECUTION OF THE MATCH FUNCTION, OR BY THE ¢-FUCNTION), WHILE “RESTORE(#)” RESTORES P TO
S o o o o o o - . ol Y 2 N o - o
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Fq finite field of operation

S the source node

D the destination node

A number of network layers

M maximum number of nodes per layer
A(X)  node where inpuk belongs

A(y) node where outpu belongs

T(V,W) transformation matrix whose rows are labeled with the elet® ofV
and the columns with the elements \f

|U| number of identified LI paths in previous iterations

U set of used channels between layeendi + 1 (we drop the index for simplicity)
Uy set of used inputs at layercorresponding to the channels lih

Uy set of used outputs at layer 1 corresponding to the channelsln

RO the set of edges that input perceives as being used from previous iterations
RY set of inputs that inpuk; perceives as being used from previous iterations
RS) set of outputs that input; perceives as being used from previous iterations
Lx(Z) the smallest subset & in the matrixT(RW, Z)

that containsx in its span

W, set of visited nodes in thelayer

W/ set of unvisited nodes in theth layer

Ugy set of all the inputs of the nodes W,

Uz, set of all the visited inputs in the layemwhich are used, i.eUgy = Ugy N Uy.
Ugy set of all the outputs iWV/ ,

Ug, set of all the outputs oblgy which are used, i.elJgy = UgyN U,.

ltotal total number of inputs in the network.
Owtar  total number of outputs in the network.

TABLE I
SumMARY OF NOTATION
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